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Abstract—This paper explores feedback systems using incre-

mental redundancy (IR) with noiseless transmitter confirmaion
(NTC). For IR-NTC systems based onfinite-length codes (with
blocklength N) and decoding attempts only atcertain specified
decoding times this paper presents the asymptotic expansion
achieved by random coding, provides rate-compatible spher
packing (RCSP) performance approximations, and presentsis-
ulation results of tail-biting convolutional codes.

The information-theoretic analysis shows that values of N
relatively close to the expected latency yield the same raod-
coding achievability expansion as with N = oo. However,
the penalty introduced in the expansion by limiting decodirg
times is linear in the interval between decoding times. For
binary symmetric channels, the RCSP approximation provide an
efficiently-computed approximation of performance that stows
excellent agreement with a family of rate-compatible, taHbiting
convolutional codes in the short-latency regime. For the adi-
tive white Gaussian noise channel, bounded-distance dedod
simplifies the computation of the marginal RCSP approximaton

and produces similar results as analysis based on maximum-

likelihood decoding for latencies greater than200. The efficiency
of the marginal RCSP approximation facilitates optimization of
the lengths of incremental transmissions when the number of
incremental transmissions is constrained to be small or th&ength
of the incremental transmissions is constrained to be unifon
after the first transmission. Finally, an RCSP-based decodig
error trajectory is introduced that provides target error r ates for
the design of rate-compatible code families for use in feeditk
communication systems.

Index Terms—Feedback communications, Convolutional codes,
Turbo codes.

I. INTRODUCTION

feedback of the received symbol) the capacity for a singk-u
memoryless channel remains the same as without feedback [1]
That same year Elias and Chang each showed that while feed-
back does not change the capacity, it can make approachéng th
capacity much easier. Eliasl [2] showed that feedback makes i
possible to achieve the best possible distortion using @lsim
strategy without any coding when transmitting a Gaussian
source over a Gaussian channel if the channel bandwidth is an
integer multiple of the source bandwidth. Chahg [3] showed
that feedback can be used to reduce the equivoc&fiok|Y")

in a coded system to bring its rate closer to capacity fordinit
blocklengths.

The next phase in the information-theoretic analysis of
feedback showed that it can greatly improve the error ex-
ponent. Numerous papers including [4]-[9] explicitly slemiv
this improvement. A key result in this area is the seminalkwor
of Burnashev|[[10] which provides an elegant expression of
the optimal error-exponent for DMC with noiseless feedback
Burnashev employed a technique that can be considered as a
form of active hypothesis testing [11], which uses feedhkack
adapt future transmitted symbols based on the current state
the receiver.

Although active hypothesis testing provides a performance
benefit, practical systems using feedback have thus fargprim
ily used feedback to explicitly decide when to stop transngt
additional information about the intended message. This ca
happen in two ways: Receiver confirmation (RC) occurs when
the receiver decides whether it has decoded with sufficient
reliability (e.g. passing a checksum) to terminate communi

This section presents a summary of related previous work oation and feeds this decision back to the transmitter. The
noiseless feedback in communication from both the perspedternative to RC is transmitter confirmation (TC), in which
tive of information theory and that of system design. Aftethe transmitter decides (based on feedback from the rageive
discussing previous work, we summarize this paper’s mawhether the receiver has decoded with sufficient religbfbt

contributions.

A. Feedback in Information Theory

The first notable appearances of feedback in informa’[i("?rji1
theory are in 1956. Shannon showed the surprising resﬁ‘?ﬁ
that even in the presence of full feedback (i.e., instardase
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even if it has decoded correctly, since the transmitter lsnow
the true message).

TC schemes often use distinct transmissions for a message
ase and a confirmation phase. Practical TC and RC systems
n usually be assigned to one of two categories based on

when confirmation is possible. Single-codeword repetition

(SCR) only allows confirmation at the end of a complete
codeword and repeats the same codeword until confirmation.
In contrast, incremental redundancy (IR) systems [12]sinain

a sequence of distinct coded symbols with numerous op-
portunities for confirmation within the sequence before the
codeword is repeated. In some cases of IR, the sequence
of distinct coded symbols is infinite and is therefore never
repeated. If the sequence of symbols is finite and thus regeat
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we call this a repeated IR system. enhance transmission reliability. Davida proposed the iofe
Forney’s analysis [13] provided an early connection betweeombining ARQ and FECQ [19] using punctured, linear, block
these practical system designs and theoretical analysis dodes. The possible combinations of FEC and ARQ came to be
deriving error-exponent bounds for a DMC using an SCR-Rkhown as type-I and type-II hybrid ARQ (HARQ), which first
scheme. Following Forney’s work, Yamamoto and Itohl [14dppeared in[20] (also see]21]). Type-l HARQ is an SCR-RC
replaced Forney’s SCR-RC scheme with a SCR-TC scheme@edback system that repeats the same set of coded symbols
which the receiver feeds back its decoding result (basegl omlith both ED and FEC until the decoded message passes the
on the codeword sent during the current message phase). Eetest. Recent literature and the present paper refer ®ltyp
transmitter confirms or rejects the decoded message duringl&RQ as simply ARQ because today’s systems rarely send
confirmation phase, continuing with additional message andcoded messages. Type-ll HARQ originally referred to sys-
confirmation phases if needed. This relatively simple SCRems that alternated between uncoded data with error édmtect
TC scheme allows block codes to achieve the optimal err@nd a separate transmission of parity symbols. Today, liype-
exponent of Burnashev for DMCs. HARQ has taken on a wider meaning including essentially all
Error-exponent results are asymptotic and do not alway’-RC feedback systems.
provide the correct guidance in the low-latency regime. Utilizing the soft information of the received coded sym-
Polyanskiy et al.[[15] analyzed the benefit of feedback imols, Chase proposed a decoding scheme for SCRERC [22]
the non-asymptotic regime. They studied random-coding kRat applies maximal ratio combining to the repeated blocks
schemes under both RC and TC, and showed that capacity ofnoded symbols. Hagenauér [23] introduced rate-comigatib
be closely approached in hundreds of symbols using feedbgtinctured convolutional (RCPC) codes, which allow a wide
[15] rather than the thousands of symbols required withoringe of rate flexibility for IR schemes. Rowitch et al.l[24pa
feedback([16]. Liu et al. [28] used rate-compatible punctured turbo (RCPT)
In [15] the IR schemes provide information to the receivejodes in an IR-RC system to match the expected throughput
one symbol at a time. For the RC approach, the receiver pto-the binary-input AWGN channel capacity.
vides confirmation when the belief for a prospective codelvor When implementing an IR system using a family of rate-
exceeds a threshold. For the TC approach, the transmiitempatible codes, the IR transmissions will often repeaeon
provides confirmation using a special noiseless transmittsl of the symbols corresponding to the longest codewora hav
confirmation (NTC) allowed once per message when thgen transmitted and the confirmation is not yet received.
transmitter observes that the currently decoded messageCign et al. demonstrated in_[26] that a repeated IR system
correct. This setup, referred to as variable-length feeklbausing RCPC codes could deliver bit error rate performance
codes with termination (VLFT) in[[15], supports zero-errosimilar to long-blocklength turbo and LDPC codes, but with
communication. VLFT codes are defined broadly enough tauch lower latency. The demonstration bf[26] qualitatjvel
include active hypothesis testing in [15], but the achidittb agrees with the error-exponent analysis and the randorimgod
results of interest use feedback only for confirmation. analysis in[[15]. Using[26] as our practical starting pethis
When expected latency (average blocklength) is constlaingaper explores the practical design of IR-NTC systems at low
to be short, there is a considerable performance gap shawtncies (i.e., with short average blocklengths) undactiral
in [15] between the SCR-TC scheme of Yamamoto and lt@onstraints and with practical codes.
[14] and the superior IR-TC scheme 6f [15]. This is notable Practical design for an IR scheme is primarily concerned
because the SCR-TC scheme of Yamamoto and Itoh achiew@$ optimizing the incremental transmissions, which irzs
the best possible error-exponent, demonstrating thatr-err@esign of a rate-compatible code family and optimization
exponent results do not always provide the correct guidange the lengths of the incremental transmissions. Practical
in the non-asymptotic regime. constraints include limitations on the blocklength of the
Using [15] as our theoretical starting point, this papabwest-rate codeword in the rate-compatible code famiig, t

explores the information-theoretic analysis of IR-NTCtepss numberm of incremental transmissions, and the lengths of the
at low latencies (i.e., with short average blocklengthsgjarm incremental transmissions.

practical constraints and with practical codes. Several papers have provided inspiration in practical meig
_ ) of feedback systems. Uhlemann et al.l[27] studied a similar
B. Feedback in Practical Systems optimization problem assuming that the error probabitié

The use of feedback in practical communication systermegsch transmission are given. Finding code-independeit est
predates Shannon’s 1948 paper. By 1940 a patent had bewies of appropriate target values for these error pratiabil
filed for an RC feedback communication system using “repeistone goal of this paper.
request” in printing telegraph systems|[17]. The first agialy  In related work,[[28] provides expressions relating thioug
of a retransmission system using feedback in the practigalt and latency to facilitate optimization of the lengths of
literature appears to bé [18] in 1964, which analyzed autmcremental transmissions in real-time for an IR-RC system
matic repeat request (ARQ) for uncoded systems that emplogntrast with the current paper, the receivers in [28] mastls
error detection (ED) to determine when to request a repéhée optimized transmission lengths in addition to the cenfir
transmission. mation message in order to adapt the transmission lengths in

In the 1960s, forward-error correction (FEC) and EDreal time. Moreover,[[28] used relatively large transnussi
based ARQ were considered as two separate approachekengths in order to accurately approximate mappings from



codeword reliability to block error rate, while our focus is
on short blocklengths.

Chande et al[[29] and Visotsky et dl. [30] discussed how to
choose the optimal blocklengths for incremental redunganc
using a dynamic programming framework. Their approach
uses the error probabilities of a given code with specified
puncturing to determine the optimal transmission lengtrs f
that code. That work focused on fading channels and on longer
blocklengths than the current paper.

Freudenberger’s work [31] differs from the present work in
that the receiver requests specific incremental retrassonis
by determining which segments of the received word are
unreliable. This represents a step in the direction of atjma@c
active hypothesis testing system.

used to optimize the incremental lengths. .. I,,

for small values ofn in a repeated IR-NTC system.
Tight bounds on the joint RCSP performance under
BD decoding are used to optimize a fixed incremen-
tal length (I; = I Vj) for repeated IR-NTC with
larger values ofn.

For non-repeating IR-NTC, exact joint RCSP com-
putations under BD decoding are used to optimize
the incremental lengthg,, ... I,, to minimize ex-
pected latency under an outage constraint.

RCSP approximations yield decoding error trajec-
tory curves that provide design targets for families
of rate-compatible codes for IR-NTC feedback sys-
tems.

In [32] the authors used a reliability-based retransmissio 3) This paper provides simulations of IR-NTC systems

criteria in a HARQ setting to show the throughput gains com-
pared to using cyclic redundancy checks for error detection
While [32] shows simulation results for several values @& th

based on randomly-punctured tail-biting convolutional
codes that demonstrate the following:
o« For I = 1 and largeN these simulations exceed

message sizé;, the results are not discussed in terms of
proximity to capacity at short blocklengths.

C. Main Contributions

This paper is concerned with IR-NTC feedback systems
that use a rate-compatible code family to semdncremental
transmissions. Theth incremental transmission has lendth
so that afteri incremental transmissions the cumulative block-
length isn; = 23:1 I; and the decoder uses al} symbols
to decode. We are also concerned with the blocklength of
the lowest-rate codeword in the rate-compatible code famil
which is N =37 | ;.

Among its numerous other results, [15] provides achievabil
ity result for an IR-NTC system with zero-error probability
in the non-asymptotic regime. The achievability uses ramdo
coding analysis for the case wheke= oo (and thusn = o0)
andl; = 1,Vj.

The main contributions of this paper are as follows:

the random-coding lower bound ¢f15] on both the
BSC and the AWGN channel. For the BSC, perfor-
mance closely matches the RCSP approximation at
low latencies. For the AWGN channel, performance
is also similar, but with a gap possibly due to the
constraint of the convolutional codes to a binary-
input alphabet.

Simulations were also performed on the AWGN
channel usingm = 5 incremental transmissions
with transmission incrementd; optimized us-

ing RCSP under the assumption of BD decod-
ing. These simulations exceeded the random-coding
lower bound of [[15] at low latencies for the same
values ofm and I;. Also at sufficiently low laten-
cies, the simulations closely match the throughput-
latency performance predicted by RCSP with ML
decoding.

D. Organization

1) This paper extends the IR-NTC random-coding result To conclude this section, we briefly summarize the orga-

of [15] to include the constraint of finitev and of hization of this paper. Se€] Il investigates the rate pgnalt
I > 1 wherel; = I Vj. Though N is finite, our incurred by imposing the constraints of finite blocklength
setup still supports zero-error probability through aAnd limited decoding times on VLFT codes. A numerical
ARQ-style retransmission if decoding fails even aftepxample for the binary symmetric channel (BSC) is presented
the N symbols of the lowest-rate codeword have bedR SeclIF. Sed.Tll describes the examples (used througho
transmitted. We refer this type of system as repeatéte rest of the paper) of IR-NTC systems using families of
IR-NTC. Our analysis yields two primary conclusions:Practical rate-compatible codes based on convolutiondl an
« Constraining the difference betweah and the ex- turbo codes. Se¢.1V presents the RCSP approximations and

A : lies the approximations to provide numerical examples
pected latency to grow logarithmically with the ex2PP " ) : .
pected latency negligibly reduces expected througﬁ)-r the BSC and the additive white Gaussian noise (AWGN)

put as compared withV' = oo channel. Sed_1V also explores ARQ, Chase code combining,
. An uniform incremental tr'ansmission lengthi and IR-NTC systems for the AWGN channels using RCSP

causes expected latency to increase linearly Withapproximation. Se¢.V continues the RCSP-based exploratio
as compared to thé — 1 case of the use of IR-NTC on the AWGN channels studying

: _ _ the optimization of the incrementd/;} , based on RCSP
2) This paper uses rate-compatible sphere-packing (RC pﬁ)roximation. Finally Se€_VI concludes the paper.
approximation as a tool for analysis and optimization o

IR feedback systems as follows: [1. PRACTICAL CONSTRAINTS ONVLFT

« Exact joint error probability computations based This section studies IR-NTC systems using the VLFT
on RCSP and bounded-distance (BD) decoding afimmework in [15] with the practical constraints of finifg¢



and uniform incrementg > 1. refer this concept as noiseless transmitter confirmatiorQN
for the rest of the paper.
A. Review of VLFT Achievability NTC simplifies analysis by separating the confirma-
jon/termination operation from regular physical charncah-
unication. The assumption of NTC captures the fact that
many practical systems communicate control signals in uppe

We will consider discrete memoryless channels (DMd

in this section and use the following notation® =
denotes am-dimensional vectory,; the jth

(1,22, Tn) Fi ETN  hrotocol layers.

element ofz™, andx] theith to jth elements o&™. We denote The assumption of NTC increases the non-asympotic,

a rand(_)m variable (r.v.) by capitalized letter, e §:;, unless filchievable rate to be larger than the original feedbackrudlan
otherwise stated. The input and output alphabets are d#note " : . . . .
apacity because it noiselessly provides the informatibn o

as A and V' respectively. Let the input and output product?he stopping position. This increases the capacity by the

spaces beX = X", Y = V" respectively. A channel used i . - . .
wFi)thout feedback is characterizedpby a cc))/nditional digtidn conditional entropy of the stopping position given the feee
symbols normalized by the average blocklength.

Pyix =TI, Py, x, Where the equality holds because thé L . e )
chcl;mnel iI;[mémorlyless. For codeso'lthat li/se a noiseless téedbaThe following is the zero-error VLFT achievability ig[1L5]:
link, we consider causal chann€|$y, | y;y-1};2; and addi-
tionally focus on causal, memoryless channgly, x, }72;.
Let the finite dimensional distribution ¢fX™, X™ Y ™) be:

Theorem 1 ([[16], Thm. 10)Fixing M > 0, there exists
an (¢, M,0) VLFT code with

PX"Y"X"(xn’ynajn) ZS Zgn (6)
n=0

n 7T - j j—1 (1)
= Pxn (@) Pxn (2 )jl:ll Py xavar(sle?s g0, where¢,, is the following expectation:
i.e., the distribution of{™ is identical toX™ but independent " = Emin {1, (M-1F[E(X™ V") <X YMIXY)L (@)
of Y. The information density(z";y") is defined as The expression i{7) is referred to as the random-codingruni

. dPxnyn (z",y") (RCU) bound. We take the information density before any

W™ y") =log o T (2) symbols are received(X°;Y?), to be0 and hencety = 1.

(Pn (&) X Pyn(y")) Additionally, from the proof of[[15, Thm. 11], we have:

dPynxn (y"[2")

=1 . 3 oy
8 Py (y™) ® €n <E [oxp {—[i(X™Y™) ~log(M —1)]*}]. (8)
In this paper we only consider channels with essentially The proof of Thm[ll is based on a special class of VLFT
bounded information densiti{ X; V). codes called fixed-to-variable (FV) codées [33]. FV codes

This section extends the results in][15] for VLFT codes. Igatisfy the following conditions:

order to be self-contained, we state the definition of VLFT _—

codes in ]: fn(Ua VV7 Y ) = fn(Ua W) (9)
Definition 1: An (¢, M, ¢) variable-length feedback code T=inf{n >1:g,(U,Y") =W} (10)

with termination (VLFT code) !S defined as-.. __ The condition in[(P) precludes active hypothesis testimgesi

1) A common rv.U € U with a probability distribution e feedback is not used by the encoder to determine trans-
Py revealed to both transmitter and receiver before theieq symbols. The condition if{L0) enforces zero-error
start of transmission. ) operation since the stopping criterion is correct decoding

2) A sequence of encodey : U x W x "~ - A that 1 the proof of ThmlL each codeword is randomly drawn ac-
defines the channel inpufs,, = f,,(U,W,Y""). Here  ;qding to the capacity-achieving input distributipfi”, Px
W is the message r.v. uniform W = {1,..., M}. o the infinite product spac&™. Given a codebook re-

3) A sequence of decodets, : U x Y™ — W providing  gjization, the encoder maps a message to an infinite-length
the esﬂmate (_)W at imen. o vector and the transmitter sends the vector over the channel

4) A stopping timer € N w.rt the filtration 7, = gympol-by-symbol. Upon receiving each symbol, the decoder

o{U, Y™, W} such that: computesM different information densities between tfi¢
E[r] < ¢. (4) different codewords and the received vector. The transmitt
_ o _ sends the noiseless confirmation when the largest infoomati
5) The final decisioV’ = g, (U, Y ™) must satisfy: density corresponds to the true message. Averaging over all
]P’[W LW]<e (5) possible codebooks gives the achievability result.

VLFT represents a TC feedback system because the stop- _ . .
ping time defined in item 4) above has access to the mess gelntroducmg Practical Constraints to VLFT
W, which is only available at the transmitter. As observed Define a VLFT code with the constraints of finite block-
in [15], the setup of VLFT is equivalent to augmenting eaclength N and uniform increment as follows:
channel with a special use-once input symbol, referred to asDefinition 2: An (¢, M, N, I,¢) VLFT code modifies 2) and
the termination symbol, that has infinite reliability. Wellwi 4) in Definition1 as follows:



2') A sequence of encoders where¢,, is the same ag]7).
_ The proof is provided in AppendIx]JA. Achievability results
. n+kN—1
Jrorn UXW X YN = Xk eN for e = 0 can be obtained using &, M, N, 1,0) “repeated”
that satisfiesf,, = fn . VLFT code, which repeats the transmission if the blocklangt
4) A stopping timer € {n; + kI : k € N} w.rt. the N codeword is exhausted without successful decoding. The
filtration 7, s.t. E[r] < ¢ andn; is a given constant transmission process starts from scratch in this casegdiisy

such thatn; + kI|N for somek € N. the previous received symbols. Using the origilal sym-
Define the fundamental limit of message cardinalityfor P0Is through, for example, Chase code combining would be
an (¢, M, N, I,e) VLFT code as follows: beneficial but is not necessary for our achievability result

Definition 3: Let M7 (£, N, I,¢) be the maximum integer Specifically, for. an(¢,M,N,1,0) repeated VLFT code we
M such that there exists aff, M, N, I,¢) VLFT code. For nave the following result: ,
zero-error codes where = 0, we denote the maximum/ Theorem 3:For everyM > 0 there exists a/, M, N, 1,0)
as M;(¢,N,I) and for zero-error codes withi = 1 (e, 'ePeated VLFT code such that
decoding attempts after every received symbol) we denete th 1 N-1
maximumM as M; (¢, N). bS5 PRy (18)
For a feedback system that convey$ messages with (1=&w)
expected latency, the expected throughput; is given as where¢,, is the same ag(7).
Ry = logM/¢. All of the results that follow assume an The proof is provided in Appendix]A. The rate penalty of
arbitrary but fixed channe] Py, x,}_, and a channel-input using a finite-length (lengttV) codebook is quantified in the
process{X;}, taking values inX where N could be following theorem and its corollary:

n=0

infinity. Theorem 4:For an (¢, M,N,1,0) repeated VLFT code
with N = Q(log M), we have the following upper bound
C. The Finite-Blocklength Limitation on ¢ for a stationary DMC with capacity'":
This subsection investigate&, M, N, I,¢) VLFT codes 1< log M e (19)

with finite N but retains decoding at every symbdl £ 1).
The achievability results are examples of IR-NTC systems (pet Cx = C' — A for someA > 0 and N = log M/Cx. The
FV codes as described in SEc. 1-A), so that encoding does a(t1) term ¢ due to the finite value oN is upper bounded by
depend on the feedback except that feedback indicates whigs following expression:
the transmission should be terminated. b log M boloo M

2 108 0108

asl-n an IR-NTC system, the expected lateriEr] is given c< CQM/0n) © CaMhA/Ca +a (20)
o0 wherea depends on the mean and uniform bound(df;Y),
E[r] = ZTLP[T =n] (11) andb,’s are constants related t& and M. The proof is
n=1 provided in AppendiXZA.
= Z P[r > n] (12) This choice ofN may have residual terms decaying with
it very slowly. However, our non-asymptotic numerical resirit
- Sec[1I-F for a BSC indicate that this decay is fast enough for
= P[E,] (13) : :
et excellent perfOfmance in the short-blocklength regime. .
- An asymptotic expansion dbg M; (¢, N) needs to be in-
<> P, (14) dependent of/ and requiresV growing with /. However, the
n>0 components of the correction temin Thm.[4 depend on both
where N (aslog M/Ca) and M. Indeed for a fixed, the smallesi/
En=0_1(; (15) satisfying [19) and(20) is achievable. The argument we make

. ] ) ~ below is that for any fixed constant= ¢y > 0, there is arv,
and(; is the marginal error event at the decoder immediatefy 5 depends logarithmically or; ! such that the expansion

after thejth symbol is transmitted. Equatidn {14) follows SiNCgg M;(¢,N) > Cl—cy is true for all¢ > £,. We first invoke
Ep C ¢, implies P[E, | < P[(,]. the converse for af/, M, o, 1,0) VLFT code:
Consider a cod€y with finite blocklengthV and symbols  Theorem 5 (5], Thm. 11)Given an arbitrary DMC with

from '. Achievability results for art¢, M, N, 1, €) “truncated”  capacityC' we have the following for ani¢, M, o, 1,0) VLFT
VLFT code follow from a random-coding argument. In parggge-

ticular we have the following:
Theorem 2:For any M > 0 there exists arf¢, M, N, 1,¢) log My < {C +log(f +1) + loge. (21)

truncated VLFT code with After some manipulation, Thmg] 4 aftl 5 imply the following:

N—-1
t< Z &n (16) Corollary 1: For an (¢, M, N,1,0) repeated VLFT code,
n=0 we can pické > W and letN = (1 +0)¢ =
€< &N a7 44 Q(log¢) such that the following holds for a stationary



DMC with capacityC’ﬂ Theorem 7:For an (¢,M,N,I,0) repeated VLFT with
y N =7+ Q(log¥) on a stationary DMC with capacit¢' and
log M (£, N) 2 £C = O(1). @2) sufficientl(y Iarg]e
The proof is provided in AppendixJA. X > 00 —
To conclude this discussion of the penalty associated with log My (£, N, I) 2 £C = O(I) . (25)
finite blocklength, we comment thaV' only needs to be gpecifically, if we chooseV > ¢ + w and have
scaled properly, i.elV = £ + Q(log£), to obtain the infinite- decoding attempts separated by an incremgnthen the
blocklength expansion al/; (¢, c0) provided in [15]. There- expansion is the same as the case With 0 and N = co so
fore the restriction to a finite blocklength does not restrict that the penalty term is linear ih.
the asymptotic performance iV is selected properly with Proof: The proof is based on the following lemma that
respect tof. The constant penalty terms in the expansiofoyides an upper bound dhfor an (¢,M,N,I,0) repeated
are different for infinite and finiteV, which might not be \/| FT codes -
negligible in the short-blocklength regime. Still, our nencal Lemma 1:For an(¢, M, N, I,0) repeated VLFT code with
results in Sed TIF indicate that relatively small valudsho  n — ¢ (10g A1), we have the fé)llowing upper bound drfor

can yield good results for short blocklengths. a stationary DMC with capacitg":

D. Limited, Regularly-Spaced, Decoding Attempts < (1+ ]P’[(N])_lk)g?M +Plro > m] +0O(I) (26)
This subsection investigate®, M, N, I,e) VLFT codes log M
with N = oo but decoding attempted only at specified, +0(I), (27)

regularly-spaced symbold (> 1). The first decoding time
occurs aftem; symbols (which could be larger thdi so that
the decoding attempts are made at the times- n;+(j—1)I.
The relevant information density proce$X™/; Y™/ ) is on the . .
subsequence; = n; + (j — 1)I. The main result here is that2¢ " AppendilA.

the constant benalty now scales linearly with The proof of ThmD?_ now follows. For at¢, M, N, 1,0)

Theorem 6:For an(¢, M, N, I,0) VLFT code with uniform repeated VLFT code, pick/ as follows:

increments/ and N = oo we have the following expansion log(£+ 1) + loge

where 7y is the stopping time in terms of the number of
decoding attempts up to and including the first success.
The proof of the lemma is similar to Thiial 4 and the details

for a stationary DMC with capacitg": N = (1+0)¢, wheres > o (28)
log M; (¢, 00, 1) > (C — O(I). (23) The re_sult follows by a simi_lf_zlr argument as for ddr. 1 and by
observing that for the condition @, (1 + )¢ = £+ Q(log ¢).
The proof is provided in AppendixJA. The restriction on the initial blocklength; only makes a
In view of Thm.[8, the penalty is linear in the incrementonstant difference. [ ]

I. The increment/ can grow slowly, e.g./] = O(log/) and  Qur earlier work [[34] used an intuitive choice of the finite
still permit an expected rate that approacléeswithout the plocklength: N = (1 + §)¢ for a fixed s > 0, ie., a
dispersion penalty incurred when feedback is absence [16].blocklength that is larger than the target expected latdncy
the non-asymptotic regime, however, the incrementust be the fractions. Theoreni¥ validates such choice in terms of the
carefully controlled to keep the penalty small. Our numeric optimality of the asymptotic expansion (sinéé e Q(log 0)),
results in Sed_T[F indicate that choositfig= [log, log, M|  and indicates that the required overhéad decreasing as the
yields good results for short blocklengths. Also, varyiilgo target expected latency grows.
decrease witlj can avoid a substantial penally while keeping
the penalty small.

F. Numerical Results

E. Finite Blocklength and Limited Decoding Attempts For practical applications that apply feedback to obtain re
This subsection investigatég, M, N, I,0) repeated VLFT duced latency, non-asymptotic behavior is critical. Tleist®n
codes with both finite N and I > 1. When these two gives numerical examples of non-asymptotic results for @ BS
limitations are combined, a key parametenisthe number of For a BSC with transition probability we use the RCU bound

decoding attempts before the transmission process must sita [15], [IEE which gives the following expression:
from scratch if successful decoding has not yet been aathieve N .
The parameters:, n;, N and [ are related by the following N\ b4 \n—t . nyYyn
equation: S < tz:; (t)p (=P min 1’sz_:0 (j)2
N=ny1+(m-1)1 (24)
. . Fig.[d shows expected throughpui,] vs. expected latency
Combining the results of Sec. TFC and Sec. 11-D yields thgy herformance of a VLFT code with — oo and three finite-

following expansion for(¢, M, N, I,0) repeated VLFT codes  repeated VLFT codes over a BSC with= 0.0789. Since
on a stationary DMC with capacitg: ¢ scales linearly with 2 | for one repeated VLFT cod&’

1As opposed to the expression in[15], we use a minus sigidr) term
to make the penalty clear. 2We replace(M — 1) by M for simplicity.
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Fig. 1. Performance comparison of VLFT code achievabiliasdsl on the Fig. 2. Performance comparison of VLFT code achievabiliasésl on the

RCU bound with different codebook blocklengths. RCU bound with uniform increment and finite-length limitats.
scales as: analytically in the previous section appear naturally ie th
log M log M context of these codes.
N = C +alog —c +0b, (29)

A. Implementation of a repeated IR-NTC with Practical Codes

A practical way to implement repeated IR-NTC is by using a
family of rate-compatible codes with incremental blockjérs
For the other two repeated VLFT codes, = log M/QA {n}7, wheren; = Zi_il 1. Defining an(n, M) code to be
whereCa = C' — A. We choseA = 0.3C and0.4C, which 5 cojiection of M Ienéthn'vectors taking values int, we
are 43% and 67% longer, respectively, than the blocklengthyafine a family of rate-compatible codes as follows:
N = log M/C that corresponds to capacity. In other words, Definition 4: Let n, < ns < --- < n,, be integers. A
N = 1.431log M/C and N = 1.67log M/C respectively. collection of codes{C;}™ , is said to be a family of rate-
Expected throughput for thg finitd-repeated VLFT codes compatible codes if eajcﬁj is an (n;, M) code that is the
converges to that of VLFT withV = oo before expected la- regit of puncturing a common mother code, and all the
tency has reachex)0 symbols. For expected latency abae gy mpols in the higher-rate codg’;} are also in the lower
symbols, the only repeated VLFT code with visibly differenf,e code{C;j41}.
throughput than theV = oo VLFT code is theA = 0.3C° A family of rate-compatible codes can be constructed by
code. _ _ finding a collection of compatible puncturing patteris][23]
As mentioned in Se€. II-A, VLFT codes can have expectegisfying Def[% for an(N, M) mother code. Note that the
throughput higher than the original BSC capacity0o8017  5ncturing becomes straightforward if we reorder the sylsibo
pecause of the NTC. This effect vanishes as expected lategeyhe mother code so that the symbol<gfare first, followed
Increases. by the symbols ofC; and so on. From this perspective, the
Fig.[2 shows the?, vs. ¢ performance of a VLFT code with gympols transmitted by VLFT ifi [15] can be seen as an infinite
N = oo and/ = 1 and repeated VLFT codes with variougamily of rate-compatible codes resulting from such an cede
decoding-time increments As in (28), when! grows linearly puncturing.
with log M (i.e., [0.15log, M) then there is a constant gap \yhen implemented using a family of rate-compatible codes
from the I = 1 case. However, iff grows as[log, log, M {C;}7,, repeated IR-NTC works as follows. A codeword of
_then the gap from thé = 1 case _decrgases as expected Igten@( with blocklengthn; = I; is transmitted to convey one
increases. ARQ performance (in whi¢h= N, whereN™ is  of the A/ messages. The decoding result is fed back to the
the optimal blocklength forMf) is also shown in the figure, ansmitter and an NTC is sent if the decoding is successful.
which reveals a considerable performance gap from even §gerwise the transmitter will send coded symbols such that
most constrained repeated VLFT implementation in Eig. 2. thens = I;+I» symbols form the codeword i, representing
the same message. The decoder attempts to decode with code
1. IR-NTC wiTH CONVOLUTIONAL AND TURBO CODES ¢, and feeds back the decoding result. If decoding is not
The achievability proofs in[15] and]Il are based on an IRsuccessful after thenth transmission where,,, = N, the
NTC scheme usingandomcodebooks. This section providedecoder discards all of the previously received symbols and
examples of IR-NTC based opractical codebooks: rate- the process begins again with the transmitter resendind,the
compatible families of turbo codes and tail-biting convoluinitial coded symbols. This repetition process continues! u
tional codes. The constraints of finif§ and / > 1 studied the decoding is successful.

so thatNV = ¢+ Q(log ¢). The constants, b > 0 were selected
experimentally to bex = 10, b = 30.



v(1)K
Input DK random codes, as noted in_[37]. To find a code-independent
_ 5| Rate 1/3 Encode it analysis that gives a better prediction of practical code pe
U(3 K formance, we introduce the rate-compatible sphere-pgckin
(RCSP) approximation. As we will see in Séd. V, RCSP can
Fig. 3. Pseudo-random puncturing (or circular buffer ratetaning) of a also _faC|I|tate_ the optimization of the increment Ie_ngﬂ;mnd .
convolutional code. At the bit selection block, a proper amtaof coded bits provide a trajectory of target error rates for use in the gtesi

are selected to match the desired code rate. of a rate-compatible code family.
Shannon et al[[38] derived lower bounds of channel codes
g I for DMC by packing typical sets into the output space. The
(D1 .., v(D) K, v(2)1,0(2)2, ... v(2)0, .-, v(2) Ky - -, V() K typical sets are related to the divergence of the channehand
P auxiliary distribution on the output alphabet. For the AWGN

channel, Shannom [39] showed both the lower bounds on the
error probability by considering optimal codes on a sphere
(the surface of the relevant ball). The bound turns out to
be tight even in the finite-blocklength regime as indicated
in [I6]. One drawback for considering codes on a sphere is
In the special case where = 1 the repeated IR-NTC the computational difficulty involved, even for a single fixe

reduces to SCR-NTC, which we refer to as ARQ. length code.

RCSP is an approximation of the performance of repeated

B. Randomly Punctured Convolutional and Turbo Codes |R-NTC using a family of rate-compatible codes. The idea

The practical examples of repeated IR-NTC provided in thof RCSP is an extension of the sphere-packing lower bound

S . . . X
paper use tail-biting RCPC codes and RCPT codes. The det.tlrﬁ)gn a single fixed-length code to a family of rate-compaibl

of the rate-compatible codes used in this paper are given.cr%des' Fo.r the ideal fa".“'y of rate—compguble codes, ea(_:llec.
follows: in the family would achieve perfect packing. Our analysil wi

The two convolutional codes we used in this paper a5¢-a Involve two types of packing: 1) perfect packing throughout

state code and &024-state code with generator polynomialé?en\;?lgr:gen%ﬁstge gvavir‘gg?sze rae(zjrlfuesctls :f&ﬁwrmgf?hzosrrg;
(g1, 92, 93) = (133, 171,165) and (2325, 2731, 3747) in octal, > 9 P ) P packing

respectively. Thet4-state code is from the SGPP-LTE[E}S]Olc th? l?zatll Whose."ratljlus 'S d%temg)lnt(;d by t.he S|g|.nkalllﬁowder
standard and th&024-state code is the optimal free distancfOns raint. Ye will also consider both maximum-iikelinoo

Fig. 4. lllustration of an example of transmitted blocks fate-compatible
punctured convolutional codes

code from [21, Table 12.1b]. Both of the codes are impl ML) decoding and bounded-distance (BD) decoding.

mented as tail-biting codes [36] to avoid rate loss at short€t {Ci}7=, be a family of rate-compatible codes. Let the
blocklengths. marginal error event of the codg at blocklengthn; be ¢,

The turbo code used in this paper is from the 3GpPp-LTRNd let the joint error probabilitieB[£,,;] be defined similar

standard[[35], i.e., the turbo code with generator polyraisni to (13): j
(g1,92) = (13,15) in octal, with a quadratic permutation By = Mizi G, - (30)
polynomial interleaver. The expected latency for a repeated IR-NTC can be computed
Pseudo-random puncturing, also referred to as circulg follows:
buffer rate matching in[[35], provides the rate-compatible L+Y™, LPE, .|
families for both the convolutional and the turbo codes. The i e
process is shown in Fid] 3: the encoder first generates a 1-P[E,,]
rate1/3 codeword. Then the output of each of the encoder’s Applying the ideal of RCSP throughout the volume of
three bit streams passes through a “sub-block” interleaw@e ball to [31) leads to the joint RCSP approximation of
with a blocklength K. The interleaved bits of each subthe repeated IR-NTC performance. Sineg,,,] > P[E,,],

block are concatenated in a buffer, and bits are transmittegplacing P[E,.] with P[¢, ] produces a upper bound on
sequentially from the buffer to produce the incremenfs expected Iaten]cy as fo||0WJ5;
as shown in Fig[d4. The sub-block interleavers re-order the

(31)

bits of the mother code so that sequential transmissionef th ) I+ 3250 1iPlGn, o] (32)
bits produces an effective family of rate-compatible codes B 1= P[Cn,]
discussed in Se€. THA. SinceP|[¢,,] is often a tight upper bound dME,, ;| (examples

We will use simulation results of repeated IR-NTC systemgil| pe shown in Sec[V-C), applying the ideal of RCSP
based on these RCPC and RCPT codes to compare with ftbughout the volume of the ball td(32) produces the

analysis in the following sections. marginal RCSP approximation of the expected latency in a
repeated IR-NTC, which is very similar to the joint RCSP
IV. RATE-COMPATIBLE SPHEREPACKING (RCSP) approximation and more eas"y Computed_

The random-coding approach gives a tight achievable bound®erforming ML decoding gives a lower bound on the
on expected latency when/ is sufficiently large. In the expected latency for the repeated IR-NTC, but makes the
short-latency regime, however, practical codes can ofgtpar error probabilities difficult to evaluate. We initially ayae



using BD decoding to decode the ideal code fanfily}”" ;. BSC.p=0.0789

075|i v T T T
Subsequently we refine the analysis by bounding ML decodi ' . - = -BSC Capacity
performance. Thus we will be considering both the joint ar AN — VLET with random coding lower bownd, m = o0
marginal RCSP approximations and also considering both £ _[# k716 7770 @l
and ML decoding. llb /k:20\‘\ @ IR-NTC with step size 1 using 64-state C.C.
= AN ..
= - \ ~
A. Marginal RCSP Approximation for BSC 2 0.65- ‘-13/"3,2 Trel ‘ : I
2 - T S.o
For the BSC the optimal decoding regions are simp é S N T
Hamming spheres. RCSP upper bounds IR-NTC performar T
on the BSC by assuming that each code in the family of rat § o e L EAES E
compatible codes achieves the relevant Hamming bound. & O <« k=64
For a BSC with transition probability the marginal error
probability P[¢,,, ] is lower bounded as followd: 0.55 ,
nj
n; _
PGn,] > Z ( ta)pt(l —p)nt, (33)
t=rj+l 0'50 56 160 1;30 260 250 360 SéO 460 450 500

wherer; is chosen such that Fxpected Latency

T‘j—l

Fig. 5. In the short-latency regime, the marginal RCSP appration can be

M
M J A, =92ni 34) more accurate for characterizing the performance of goagsgsuch as the
Z ( t * Zl ! ( ) convolutional code in this figure) than random-coding asialyThe additional

=

=0 information provided by the error-free termination symi6INTC leads to
and a converse and an operational rate for the convolutionaé ¢hdt are above
M N the original BSC capacity.
0<2Ai<JV[( J). (35)
Ty

j=1
. . __.additi i i i [ in [BeE]

We use [3B) to compute the marginal RCSP approxmaﬂgrc\jdltlonal information to the receiver as discussed in[Be&&l

for the BSC. Note that for the BSC and &m, M) code with

M uniform decoding regions that perfectly fill the space, M L

decoding is also BD decoding with an uniform radius. lB RCSP Approximation for ANGN Channel

For the BSC withp = 0.0789, Fig.[3 shows the marginal This subsection derives joint and marginal RCSP approx-
RCSP approximation withn = oo, the VLFT converse of imations for the AWGN channel under both BD and ML
[15], the random-coding achievability df [15], and simigas decoding. Consider an AWGN channgl = X + Z with
of repeated IR-NTC using thé4-state convolutional code an average power constraiftf] Let the signal-to-noise ratio
from Sec[II=B. All simulation points have incremeit=1, (SNR) ben = P/o® whereP is the signal power and” is the
finite codeword lengthsN = 3k, and initial blocklength noise power. Assume without loss of generality (w.l.0.ggtt
n = k for k = 16, 20, 32, 64, respectively. To compare the€ach noise sample has a unit variance. The average power of a
choice of N' = 3k with the results in Selll, taki = 32 as length# received word i€€[|| Y™ [|*] < n(P+0?) = n(1+7).
an example. Fok = 32 the expected latency &= 49.62 in Sphere packing seeks a codebook thatMasqually separated
Fig.[@ and N = 96 corresponds to choosing & = 0.93. codewords within then-dimensional norm ball with radius
As we saw in Fig[l,§ = 0.67 gives RCU performance Touter = v/n(1 +1).
indistinguishable fromN = oo so thatN = 96 should be =~ One can visualize a large outer sphere that contains-
more than sufficient for this example. 2"% decoding regionsD;,i = 1,...,M, each with the

The convolutional code simulations give throughput-lagen Same volume. Considering the spherical symmetry of i.i.d.
points that are very close to the marginal RCSP approximati@aussian noise, our bounded-distance decoding region is
for expected latency less thdid. The simulation points for ann-dimensional Euclidean ball centered around the message
k = 16,20,32 are significantly higher than the randompoint. By conservation of volume, the largest radius of the
coding achievability result of [15]. The simulation poirarf decoding region has a volume satisfying
k = 64 falls below the random-coding achievability because Vol (D;) = K™

. . i) = IKpT
the expected latency is larger than the analytic trace-back R
depth of60 bits (or 20 trellis state transitions) for tlie-state < 277" x Vol (Outer spherg

convolutional code. =27"RK, (\/n(l + n))n

Note that in Fig.[b, the convolutional code simulation

poths, :)hle mar%;n;‘: R\(/:LSIET approximation curve, thﬁ VIIJ‘FT 4We use the expectation average power constﬂﬁié{j?zl Xf) < nP,
achievability, an N converse curves are ail a O\\cv%ich is not as strict as the summation average power cdrm@']’.‘:l X2 <

the BSC capacity because the NTC assumption providgs since it allows the codeword power be larger thamvith low probability.

As shown in the Appendik]C, the sphere-packing property d¢oetbwith
SFormally, the sphere-packing lower bound for BSC followsnirthe fact the expectation average power constraint will satisfy th@reation average
that the tail of a binomial r.v. is convex. power constraint if the rate is less than capacity.
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where K,, is the volume of then-dimensional unit sphere. AWGN Channel, SNR = 2dB

Solving for the radius of the decoding region yields o8 \\ | | |

r <278 /n(1+n). (36) e \\\

0.75F ~ 1
1) RCSP Approximation for AWGN under BD decoding: k=32 \\___
Using bounded-distance decoding on the AWGN channel giv - 4 ¥ ko TTmeeel__
the following decoding rule: the decoder selects mesgaifle = .| - ¥ k=128 k:%t‘{; o
the received wordv™ € D; for a uniquei € {1,...,M} g T R R gty tiete bt~ te -0 < -
and declares an error otherwise. Regardless of the traesimi £ e/e”; """"""""""""""""
codeword, the marginal error event for BD decoding,js= § 0.65k V'//”'» : : |
{Z" . ||Z™||? > r*} wherer is the decoding radius. The error & K * — CAON G
probability for decoding region with radius is then simply v - - -VLFT Convpcrsc}
given by the tail of a chi-square r.v. withdegrees of freedom: | —6—Marginal RCSP with BD decoding, m = oo
=¥ -Random coding lower bound with m = oo
P[Cn] =1- FX% (7’2) (37) Marginal RCSP with ML decoding, m = oo
=G T2 ¢ ML-decoded 64-state C.C. with step size 1
X"( ) (38) 0'550 56 160 léO 260 2%0 360 3‘50 400

where F,» is the CDF of a chi-square distribution with Expected Latency

degrees of freedom.

Let M = 2% for an integerk_ Assuming perfect sphere- Fig. 6. The marginal RCSP approximation with BD decoding] ararginal

; ; g ; ; incesta RCSP with ML decoding, for the AWGN channel. Similar to the@®She
packing (i.e., aChIeVIan) with equality) at each inc I additional information provided by the error-free terntiaa symbol of NTC

code rate, the radius at incremental code #gte; iS given |eads to a converse and an operational rate for the corvoalttode that are
as: above the original BSC capacity.

2 ni(l+mn)

T.j - 22k/nj (39)

For the 2dB AWGN channel, Fig[16 shows the VLFT
Note that the probability of a decoding error in thith converse of[[15], the random-coding lower bound[of [15], the
transmission depends on previous error events. Condiionimarginal RCSP with BD decoding, and marginal RCSP with
on previous decoding errogs,;,j = 1...,m — 1 makes the ML decoding, all withm = co and/ = 1. To approximate
error eventg,,, more likely than the marginal distributionthe behavior ofnn = oo we found numerically thatn = 10k
would suggest. Recall that,,, denotesn;<,.(,,; the joint s sufficient in this example. Also shown in Fif] 6 is the
probability P[£,,; ], 1 < j < m is given as: simulation of the repeated IR-NTC with step size= 1 and
k =16, 32, and64 using the64-state convolutional code from

[ee} 0 oo 7j—1
PE,,] = / / / o (- 1) SecmE.
f Srgen e omiPe Y P Similar to the BSC example, Fi§l 6 shows that the VLFT
dF,

e (t)...dFz (tj—1), (40) converse based on Fano’s inequality![15] and the marginal
i fi—1 RCSP approximation with ML decoding are both above the
where the increments; are as defined in Sec TIMHA ar(dx% asymptotic capacity due to the information provided by NTC.
is defined in[(3B). ’ The marginal RCSP approximation with BD decoding is not

Using P[E,,] or P[¢,,] as derived above, we can comput@Ss accurate as the curve with ML decoding in the short-lgtenc
the expected latency of the repeated IR-NTC by using theregime. The difference between the two curves, however,
joint BD RCSP approximation as ifi {81) or the marginal Blyécomes small beyond the expected latencg(of
RCSP approximation as ifi{(82). The expected througtiput  Fork = 16 and 32, the convolutional code simulations of
is given byk//. repeated IR-NTC (even with a finitd&/ of 3k) with binary

2) Marginal RCSP Approximation under ML decoding: modulation outperform_the cor_respo_r_lding_points on the eurv
To compute the marginal RCSP approximation with mLfor VLFT random-coding achievability withV' = oo and
decoding, we apply Shannon’s sphere-packing lower Hdurighconstrained input to the channel. The two simulation fsoin
[38]. We use the asymptotic approximation[inl[38] to estmatgen_erally_follow the curve of th(_e marginal RCSP approxi-
the lower bounds of the marginal error probabilities. Th&ation with ML decoding, but with a gap. We suspect that
approximation formula in[[38] does not work well for ratedhis gap is due to the use of binary modulation rather than
above capacity, providing negative values that are trioiaer N unconstrained input in the simulation. As with _the BSC
bounds. To obtain a good estimate in these cases we repl@¢@mPple, fork = 64 the performance of the simulation falls
those trivial probabilities with the ones suggested by tr&10rt as the expected latency goes beyond the analytic-trace
marginal RCSP approximation using BD decoding. back depth of th&4-state convolutional code.

5We bound the error probability using Shannon's argumere: gphtimal  C. Marginal BD RCSP for ARQ and IR-NTC in AWGN
error probability for codewords inside andimensional ball with radius/n P . . . . .
is lower bounded by the optimal error probability for codesi®on ann + 1- This subsection provides examples of applying the marginal

dimensional sphere surface with radiyé(n + 1)P. RCSP approximation using BD decoding for the AWGN
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AWGN Channel. SNR = 2 dB AWGN channel. SNR = 2.0dB, Capacity = 0.6851. ny = 64,1 = 10
T

L S B DU - _---4
0.6 1 S Vo A3 e i by
.05 1 0.5-
m +
=
%ﬂ 0.4 q § 0.4r
5 ﬁ Marginal RCSP with ARQ
< 03F Marginal RCSP with ARQ ny = 64 | § 0.3 Marginal RCSP with Chase Combining
ks Marginal RCSP with ARQ n; = 704 é Marginal RCSP with repeated IR-NTC
g Marginal RCSP with ARQ n; = 10000 . | M - B - 64-state C.C. with ARQ
0.2 | =@ 64-state C.C. with ARQ, n; = 64 % : 0.2 - % = 64-state C.C. with Chase Combining
- © - 1024-state C.C. with ARQ, n; = 64 !.‘\ ! - © - 64-state C.C. with repeated IR-NTC
| =0~ Turbo code with ARQ, n; = 704 1yt o1 - A -1024-state C.C. with repeated IR-NTC
0.1 =& Turbo code with ARQ, ni = 10000 A Q\ : ’ 3GPP turbo code with repeated IR-NTC
- = = AWGN channel capacity = 0.6851 bits |A &Q: = = = AWGN channel capacity
% 01 02 03 04 05 06 o7 o8 % 01 02 03 04 05 06 07 08 09 1
Initial Code Rate R, Initial Code Rate

Fig. 7. ARQ for RCSP, turbo cod&4-state andl024-state convolutional Fig. 8. R vs. R. for ARQ, ARQ with Chase combining and IR-NTC with
codes simulations with different initial blocklengths. ny = 64.

channel. Note that all examples use BD decoding and we will = 704 and n; = 10,000 despite the large difference
simply use the term “marginal RCSP approximation”. between these two blocklengths.

1) ARQ: Consider ARQ (SCR-NTC) on an AWGN chan- For blocklengthn; = 64, Fig.[@ compares the marginal
nel. Based on the marginal RCSP approximation the expeclRG@SP approximation to the performance @f-state and

latency? is given as 1024-state tail-biting convolutional codes. The marginal RCSP
ny approximation closely predicts the performance of theselgo
t= 1—=P[Cn,] (41) tail-biting convolutional codes. Thus, while the turbo esd
ny achieve higher throughputs than the convolutional codes, t
- W’ (42)  convolutional codes perform closer to the RCSP approxima-
" tion for their (short) blocklengths than do the turbo codsa-
and expected throughpit; = /¢ is given as tive to the RCSP approximation for their (longer) blocklérsy
Rearg = Rchgl (r2) (43) RCSP with its optimistic decoding radius and suboptimal

bounded-distance decoding is a mixture of optimistic argl pe

where R. = k/ny is the initial code rate and, is the simistic assumptions. These plots, however, show that RCSP
decoding radius of the codeword with length. Note that can provide accurate guidance for good short-blocklength
in the case of ARQ (SCR-NTC), the joint RCSP and marginabdes such as tail-biting convolutional codes.
RCSP approximations are identical since there is only desing 2) Chase Combining and IR-NT@n the ARQ scheme, the
transmission before repetition. same complete codeword is transmitted at each retransmissi

Fig.[@ shows theR; vs. R. (expected throughput vs. initial One way to utilize these repetitions is to apply the comlginin
code rate) curve for the RCSP with ARQ. The SNR2igB scheme proposed by Chade[22]. The Chase scheme uses
and the initial blocklengths are; = 64, n; = 704 andn; = maximal ratio combining ofL. repeated codewords at the
10,000. For each curve in Fid.]7, the initial blocklength receiver. If theL codewords are transmitted directly through
is fixed as we vary the number of messagés= 2* and the the AWGN channel with the same SNR, the combining process
initial code rateR. = k/n, changes accordingly. Note that forincreases the effective SNR at the receiver by a factak.of
ARQ, the initial blocklength is also the length of the possib  The side information that the previous block was decoded
subsequent transmissions. unsuccessfully (available from the absence of the NTC) im-

For blocklengths:; = 704 andn; = 10000, Fig.[4 com- plies that the instantaneous noise power in the previousgpac
pares RCSP with the 3GPP-LTE turbo codes. Each point of tiselarger than the expected noise power. The error prolpabili
dash-dot turbo-code curves represents a different turide cas lower bounded (and the throughput is upper bounded) by
with the same blocklength but different code rate (difféf@n ignoring this side information.
Interestingly, after the initial negligible-codewordr@rregion As shown in Fig.[B, Chase combining of all received
where expected throughput equals code rate, the RCSP cyraekets for a message does not significantly increase the
and the turbo code curve are very similar for bath= 704 highest possible throughput. Note that the RCSP curve for
andn, = 10,000. Furthermore, in this region the differenceChase combining uses the throughput upper bound that ignore
between the code ratB. associated with a given throughputhe side information of previous decoding failures. Chase
for RCSP and for the turbo code is abdut bits for both combining does provide a substantial throughput improveme
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. . L . TABLE |
for higher-than-optimal initial code rates, but these i0Y&d  oprimizep TRANSMISSION LENGTHSR1 = I AND INITIAL CODE RATES

throughputs could have also been achieved by using a lowe: FOR IDEAL-SPHEREPACKING ARQ WITH INFORMATION LENGTHS k
initial code rate and no Chase combining. AND SNR1) = 20B.

We now present an RCSP approximation and code simula-
tions of repeated IR-NTC as described in $ecTII-A. The exac
computation of the joint RCSP approximation is challenging
whenm is large. We use the marginal RCSP approximation
here to compute th&; vs. R, curve for the repeated IR-NTC.

Fig.[8 shows anRk; vs. R. curve computed based on the

approximation of RCSP for the repeated IR-NTC SChemoéhermse stated. However, numerical results for ML decgdi

with 7, = 64, m — 10 and a uniform increment — 10. are also presented and compared to BD decoding.

We use a uniform increment to avoid the need to optimi We first consider exact computations of the joint RCSP
U3 uni ! void pumizs proximation for relatively small values of. We begin with
each increment although the computation also admits nqp-

uniform increments. We choose = 10 because ex erimentalq e special case af = 1, which is ARQ. We then provide
' e = P results for cases wherex > 1 and study how increasing

results show that for > 10 the throughput improvement 'S m improves performance. We introduce Chernoff bounds on

di_minishing. Note t_hat we include AWGN_channeI capapity iﬂﬁe joint RCSP approximation and compare these bounds
Fig.[8 only as a point of reference since finite-latency c&pacwith the marginal RCSP approximation. We then use the

VSVIGEE I:IIENTC is higher than the asymptotic capacity as shown Inr%arginal RCSP approximation to optimize the performance

Fig. @ al h ted IR-NTC simulati ¢ tWof repeated IR-NTC for largen but constrained to have
19. [d also Shows repeale i simutations of Wl hitorm increments after the initial transmission. Then we
tail-biting convolutional codes and a turbo code, where t

) ) . rbeptimize increments for non-repeating IR-NTC constragnin
relevant codes are described in $eC.JII-B. The simulatesbtu both the maximum number of incremental transmissions and
code saturates at a lower throughput than tHestate and

T . . the probability of outage. Finally, we introduce the cortce
1024-state tail-biting convolutional codes, which are both M P y g y P

decoded. W ¢ that turb q th bett ; Iof the decoding error trajectory, which provides the RCSP
ecoded. Ve expect that turbo codes with better per Orma'?:ﬁfproximation of error probability at each incrementahga
at short latencies can be found. Still, the convolutionaleco

_ R X mission. It is a useful guide for rate-compatible code desig
performance is outstanding in this short-latency regime.

for feedback syst .
Fig.[8 shows that ARQ achieves a throughput of less tha%r eecback systems

0.5 bits and Chase combining provides little improvement over .
ARQ, with less thar).01 bits increase in expected throughpulA' Choosingl; for them = 1 Case (ARQ)

In contrast, thel024-state convolutional code simulation of Recall that for repeated IR-NTC the special casenof- 1
repeated IR-NTC achieves a throughput(o$38 bits. This IS ARQ. In this case, when the message is fixed td: lmts,
coincides with the observation i [15] that IR is essentidhe RCSP approximatifirof expected throughput is a quasi-
in achieving high throughput with feedback in the finiteconcave function of the code rafe. in (43). Thus a unique
blocklength regime, even though the SCR scheme proposeddgjimal code rater;; for the repeated codewords can be found
Yamamoto and Itoh [14] achieves the optimal error-exponengmerically [40] to maximize the RCSP approximation/af
shown by Burnashev [10]. for a givenk.

We conclude this section by comparing Fily. 7 and Eig. 8. As Table[]l presents the optimal code rat8$ = k/I; and
shown in Fig[7, the expected throughput of an ARQ using tli@nsmission lengths,, = I for ARQ. Fig.[9 plots the
blocklengthi0, 000 turbo code is0.56 bits with an expected maximum RCSP approximation of throughput vs. expected
latency of 10,016 bits. Fig.[8 shows that the repeated IRlatency? for ARQ as the red curve with diamond markers.
NTC using thel024-state convolutional code achieves a highdoth Tablell and Fid.19 apply the constraint that the lendths
expected throughput af.64 bits with an expected latency of must be integers. These results for ARQ are discussed tgeth
only 100 bits! with the results ofn > 1 in the next subsection.

k 16 32 64 128 256
ny = Iy 31 60 116 222 429
R} 0.516 0.533 0.552 0.577 0.597

V. OPTIMIZATION OF INCREMENTS B. Choosing Increment§l; } to Maximize Throughput
Sec.[TV0 studied throughput by fixing the initial block._ " Se¢-IV-C2 we demonstrated one repeated IR-NTC

lenathn. and varving the number of information svmba scheme withm = 10 transmissions that could approach
gty varying u I ' ymbais capacity with low latency based on RCSP. Specifically, the
which correspondingly varied the initial code rat&. This . '
d f ted th hiut initial cod transmission lengths were fixed fop = 64 and I, ..., 1o =
pr? }L;cels cur\;es tothexpectt_e f rg:;g gntvg.' erI]a cohe t10, while k£ was varied to maximize throughput.
rateic. In contrast, this section fixesand studies throughput - ;g o hsaction presents optimization results based art exa
by optimizing the set of incrementd;}” , for the repeated

. . numerical integrations computing the joint RCSP approxima
IR-NTC scheme as presented in SBC.IlI-A. This producgy, “goih 1 and the number of transmissioms are fixed,
curves of expected throughput; vs. expected latency.

TR . and a search identifies the set of transmission le "
The optimization uses BD decoding to compute the expectea Ot

throuthm for both jOint and marginal RCSP apprO_Ximation'eNote that for them = 1 case there is no distinction between the joint
For the rest of the paper we will assume BD decoding unleBSSP approximation and the marginal RCSP approximation.
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TABLE Il

OPTIMIZED RCSPTRANSMISSION LENGTHS FORm = 5 AND SNR= 2 Fig.[9 shows the optimized joint RCSP approximation of

DB USING NON-UNIFORM INCREMENTS, Ry vs. ¢ form =1,2,5,6 on an AWGN channel with SNR
dB. As m increases, each additional retransmission increases
k L Iz I, 1s Is | R Opt the expected throughput but the amount of that increase
16 119 4 4 4 8] 06019 diminishes. The points on each curve in [Ei. 9 represenegalu
32 138 8 8 8 12| 0.6208 of k ranging from16 to 256 information bits. FiglB shows, for
64 | 85 12 8 12 16| 0.6363 example, that by allowing up to four retransmissions= 5)
128|176 14 14 14 28 0.6494 with k& = 64, the joint RCSP approximation has a throughput
256 | 352 24 24 24 48 0.6593 R, = 0.636 bits or 93% of the original AWGN capac%/
with an expected latency dfdl symbols. Similar results are
AWGN channel. SNR = 2.0 dB, Capacity = 0.6851 obtained for other SNRs.
........................................ Fig.[9 also shows thék; vs. ¢ curves for marginal RCSP
oesl X 8-z Q- zzos Q- zz=szizms PN approximation using ML decoding. The increments in Ta-
' G/e/e/' ‘‘‘‘‘ ble [l are used in the computation. The curves for ML
"""""""""""" ; ~decoding shows that the effect of NTC starts to manifest

at low latencies asn increases. Moreover, the differences

E«OSS? ‘‘‘‘ between the BD decoding curves and ML decoding curves
z k=128 k=256 are negligible form > 1 and expected latencies larger than
£ osk ~— —AWGN channel Capacity 200. This observation motivates us to focus on the expected
g —6— Joint RCSP approx. with BD, m = 1 throughput optimization using BD decoding, which simpffie
qé 0.451 —&— Joint RCSP approx. with BD, m =2 the Computatlon.
= & Joint RCSP approx. with BD, m =5
0.4k - k=16 —6~ Joint RCSP approx. with BD, m = 6 C. Chernoff Bounds for RCSP over AWGN Channel
=0~ Marginal RCSP approx. with ML, m =1 . . .
<@~ Marginal RCSP approx. with ML, m = 2 Even using the less comple_x BD decoding, the computation
0.351 Marginal RCSP approx. with ML, m — 5| Of the joint RCSP approximation based on numerical integra-
-0 Marginal RCSP approx. with ML, m =6/  tion becomes unwieldy farn > 6. In this subsection we study
030 100 150 200 250 300 350 400 450 500 Upper and lower bounds l_Jased on th_e Chernoff inequal_ity a_nd
Expected Latency compare these bounds with the marginal RCSP approximation

) ) . o _of throughput, which is itself a lower bound on the joint RCSP
Fig. 9. TheR; vs. ¢ curves using the joint RCSP approximation with imati Similar t . b ti BD
BD decoding and the marginal RCSP approximation with ML diéwg for appro>_<|ma lon. similar O previous subsection we assume
m = 1,2,5,6. The transmission length§l;} are identified by joint RCSP decoding unless otherwise stated.
approximation. Assume w.l.o.g. that the noise has unit variance./;eind

n; be the decoding radius and blocklength for jtiedecoding
o o o attempt. As in earlier sections Igt,; be the marginal error
that maximizes the joint RCSP approximation of expected,ant andE,, = Ni_,(,, is the joint error event. The main

throughput using BD decoding. Based on the optimized iRagyit of applying the Chernoff inequality to bound the join

crements, this subsection also provides the marginal RCRRSpP approximation is the following theorem.
approximation of the expected throughput using ML decoding Theorem 8:Using the joint RCSP approximation with BD

Form > 1, identifying the transmission lengths which  gecoding for AWGN channel we have for dll< i < m that
minimize the latency is not straightforward due to the joint

decoding error probabilities ifi_(#0). Restricting to a dmal =1
allows exact computation of (#0) in Mathematica, avoiding PIEy,] > max 4 0, PG, ] — ZP [Cni n wa} o (44)
the marginal approximation. We study the cases wief 6 J=t
based on numerical integration. P[E,,] <min{P, Py, 1}, (45)

Gy ompuons complety of umence e Cherer, — 7 ) andP, (G, .| The pars o

) inc with 1SMISSIon NG u ' events(, N¢,.,j7 =1,...,m—1 can be bounded as follows:

increasing complexity we limited attention to a well-chose m I

subset of possible transmission lengths. Thus our resassd P [X2 > (1 — 2u)r2 }
Uz m

on numerical integration may be considered as lower bounds P[¢, N¢, ] < inf 2 . (46)
to what is possible with a fully exhaustive optimization. ’ 0<u<1/2 e (1 — 2u)nm/2

Table[Tl shows the results of the = 5 optimization (i.e., P {X%- <(1- zu)rfn}
the set of lengthd; found to achieve the highest throughput)  P[¢; N ¢, ] < inf . (47)

; ur? _ Ny /2
and the corresponding throughput for the joint RCSP approx- 0u<i/z (1= 2u)rm/

imation. Table[dl also shows that for every value bfthe The bounds on pairs of joint events46) aid](47) can be
initial code ratek /I, is above the channel capacity @f5851. extended to joints of more than two events which leads to
These high initial code rates indicate that feedback isatig ; ) » o o

As shown in Sed_1V the finite-latency capacity with NTC is tég than

the deC.Oder to capltallze on f"_"vorable noise reallzathns E\e asymptotic capacity. However, for small the capacity increase due to
attempting to decode and terminate early. NTC is small, and so we include the AWGN capacity as a poinefgrence.
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0.65
0.6
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£0.55 z
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£ osh ; 4 Z 0.55- ld k=64 - = = AWGN channel Capacity i
E k=16 = = = AWGN Capacity 4§ nl \k 3 - B -Marginal RCSP approx. with m = 2
14 . . v —
5 0451 —p— Joint RCSP approx. exact computation 5 N —e— Marginal RCSP approx. with m = 8
<) -0~ Joint RCSP approx.,Chernoff upper bound 05 216 - & - Marginal RCSP approx. with m = 16 b
04l - B - Marginal RCSP approx. with BD decodingi - © - Marginal RCSP approx. with m = 32
’ Marginal RCSP approx. with ML decoding 0.45- —— Marginal RCSP approx. with m =5 i
-V -Random coding lower bound - - Joint RCSP approx. with m =5 (Table II)
0351 @ 64-state C.C. with ML decoding \ == Marginal RCSP approx. with m = oo
4 1024-state C.C. with ML decoding 0.4 I I | | | I I I
0.3 | | : : : : : 0 100 200 300 400 500 600 700 800 900
0 50 100 150 200 250 300 350 400 Expected Latency

Expected Latency

) o o ) Fig. 11. Comparing marginal RCSP approximation with optdi uniform
Fig. 10. TheR; vs. ¢ curves for the joint RCSP approximation with =5  incrementI; = I and variousm, and joint RCSP approximation with
over the2dB AWGN channel. All curves use the optimized increments im)ptimized{[j}’]?g1 andm = 5.

Table[l. B

a slightly tighter upper bound faP[E,]. The proof of this nd 64-state convolutional codes presented in Sec_1II-B.

extension and the proof of Thill. 8 are provided in Appefdix he simulation results demonstrate that both codes achieve

we Qbserved r_1umer|cally that the r_narglna_l probak_nllt roughputs higher than the random-coding lower bound for
P[¢,,.] in @8), which can be evaluated directly via the tail o — 16 and k — 32. The more complexi024-state code

ahS|rlgtI)t|3‘ cl?ll-sqltjr?re_rrﬁn(:prﬁtvarlablfet,hls surpqsw;gly tighnt d ives expected throughput higher than random coding even
short blockiengths. the Ughtness of the marginal was usedg, ., ¢4 Fork — 16 andk = 32 the simulation points

[15] for @), where the upper bound on the error probabilitgf the 1024-state code closely approach the marginal RCSP

of each time instance is the marginal. L . .
t f th ted th hput ML decod
Using the marginalP[(,, ] as an upper bound oB[E,, | approximation of the expected throughput using ecoding

the lower bound[{44) shows that the gap between the jointNOte that the lower bound of the expected throughput using
and marginal probability is upper bounded by applyihg (47ndom coding is significantly below the RCSP approxima-

to Z;’;llp [<n ﬁ@‘;ﬂ}.We found numerically that setting — tions (joint RCSP approximation using BD decoding and

5 . h B ) iah marginal RCSP using ML or BD decoding) for low expected
1/2 =1/ (217, +2k) in (@7) wherek = log, M, gives atight 15i0ncies However, for expected latencies atisesymbols
upper bound on the gap, although this convenient choice o

) h imal val he RCSP approximations and the lower bound based on
'S npt the optimal value. ) random coding produce very similar expected throughputs.
Fig. [IQ shows theR; vs. ¢ curves form = 5 using the

optimized step sizes provided in Tafilé Il of SEG. V and the For random coding, an i.i.d. codebook is drawn using a
values ofk are shown in the figure. The channel SNRidB Gaussian distribution with a zero mean and a variance equal
and the asymptotic capacity (s6851 bits. Them = 5 curves 0 the power constraint). This type of random codebook
shown include exact numerical integration of the joint RCS@eneration will sometimes produce a codeword that violates
approximation, the marginal RCSP approximation using both€ POWer constraint. To address this, the average power
ML decoding and BD decoding, the upper bound on the joighould be slightly reduced or codewords violating the power
RCSP approximation using {44) and47), and the rando,q\clgnstrwnt should be purgeq, either of which will lead to a
coding lower bound using8). Evaluating (6) would give &light performance degradation.
slightly better bound tharl18) for random coding but is very To conclude this subsection, we summarize two relevant
time-consuming to compute. observations to motivate the next subsection: (1) Whengusin
The throughput upper bound usirigi(44) ahd] (47) becomB® decoding, the difference in expected throughput between
tight for latencies larger tham00. The lower bound on the the joint RCSP approximation and the marginal RCSP ap-
joint RCSP approximation usin§g (45) arld{(46) is not showproximation is negligible. (2) The difference between thiaf
separately because it turns out to be identical to the malrgiRCSP approximation using BD decoding and marginal RCSP
RCSP approximation. This is because the Chernoff bouagproximation using ML decoding is small for reasonably
of the pairwise joint probabilities are often larger thare thlarge expected latencies, e.@)0 for m > 1. These two
marginal probabilities. observations allow us to focus on efficient optimizationsdaa
Fig. [I0 also plots theR; vs. ¢ points of the1024-state on marginal RCSP approximation using BD decoding.
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TABLE Il

AWGN channel, £ < 200
OPTIMIZED RCSPny AND n,, FORm = 5 AND UNIFORM INCREMENTS. channel, £ =

k ny  ns I R, 11F
16 | 17 47 6| 0.5944
32 | 39 79 8| 0.6164 I
64 | 83 143 12| 0.6341 _osel
128 | 172 262 18| 0.6475 F i e~ «Giaials~ o it
256 | 353 483 26| 0.6576 Zosk |
; 0.7 .
D. RCSP with Uniform Increments %o.e 1
For a specified: and for a fixed finite number of transmis- B
sionsm, there arem variables{I;}7", that can be varied to %% —— AWGN Capacity

—g— Marginal RCSP with BD decoding, m =1
—— Marginal RCSP with BD decoding, m = 4
—6— Marginal RCSP with BD decoding, m = 8

optimize the throughput. The number of possible combimatio
of I,’s increases rapidly as increases. Se€. ViB addresset
the optimization problem fom < 6 by using the joint RCSP 03 — = —Expected throughput of 8.7
approximation. Motivated by the pattern seen in Talle lis th 0 1 ) 3 a : A
subsection considers the largecase by restricting the trans- SNR (dB)
missions to use uniform incremenis = I for j > 1. This
yields a two parameter optimization: the initial blocklémg Fig- 12. R vs.n for £ < 200, 7 =0,1,...,5dB andm = 1,4,8.
ny and the incremeni. To reflect practical constraints, we
restrict the increment to be an integer.

We also reduce computational burden by replacing the joint .
RCSP approximation V\ﬁth the marginal RgSPpapprogxima':io nd. I ranging fro”.‘o .to 5 dB. The .expected throughput
and we only use BD decoding. Note that in SECIV-C , is obtained by finding the largest integersuch that the

saw that the marginal RCSP approximation is operationaf? timized initial blocklengtin, and the uniform mcremedt_
identical to lower bound on the joint RCSP approximatio eld expected latency < 200. The actual expected latencies

using [4%) and[(46) and is a tight lower bound to the joir{fa
RCSP approximation. It is also relatively simple to compu
using BD decoding since the relevant probability of error i
simply the tail of a chi-square. This plot shows the significant benefit of even limited IR
Fig. [11 presents the optimized performance with unifor@s compared to ARQ over a range of SNRs. For example,
increments for variousn ranging from2 to oco. In the at 4 dB the curve forn = 1 (ARQ) is 0.155 bits from the
optimization that produced this figure, the longest possibdriginal AWGN capacity, but this gap reducest046 bits for
blocklength was constrained to be less th#t/C where m =4 and0.025 bits for m = 8. To see these gaps from an
C' is the capacity of the AWGN channel. SNR perspective, the horizontal line at expected throughpu
For them = 5 case, it is instructive to compare optimized.7 bits shows thain = 1 (ARQ) performs within1.3 dB of
uniform increments with the unconstrained optimal incratae the original AWGN capacity whilen = 4 is within 0.4 dB
of Table[l. Table[1 shows the numerical results of th@ndm = 8 is within 0.2 dB.

uniform-increment optimization forn = 5 on the 2 dB Recall that the marginal RCSP curves in Higl 12 are for
AWGN channel. Comparing thex = 5 curves in Fig[Ill repeated IR-NTC, which generally can have throughputs@bov
and the parameters,, n,, I, and R; in Tables[ll and.Il capacity because of the extra information communicated by
shows that the constraint of constant incremefjts= I for the NTC. We saw this in Figdd5 ard 6. However, this
j > 1 negligibly reduces expected throughput in this case. extra information is quite limited for small values af. A
Looking at the uniform-increment curves in Figl 11, we obsimple upper bound on the extra information per transmitted
serve diminishing returns even fot increasing exponentially. symbol to communicate for repeated IR-NTC with initial
This implies that for a practical system it suffices to coesid pjocklengthn, is log,(m + 1)/n1. We examine this upper

nged only between97 and 200. We chose the constraint
be 200 since the difference between ML decoding and BD
ecoding for the marginal RCSP approximation is small.

anm smaller thanl 6. bound for the case of dB. Form = 1, n; is 192 symbols
and the upper bound 8.0052 bits. Form = 4 andm = 8
E. Performance across a range of SNRs the values ofn, are 182 and 178 respectively, and the upper

To allow easy comparison across the various plots above, RRUNds on the NTC per-symbol extra information &rel27
have focused attention on the specific case of the 2 dB AWG(d 0-0177 bits respectively.
channel. The uniform-increment approach of the previousThus, the small values of. along with practically reason-
subsection allows us to efficiently explore performancessr able expected latencies of aroun@d symbols considered in
a range of SNRs. For expected latencies constrained to Fig.[I2 cause the extra information provided by NTC to be
close to (but not greater thag)0 symbols, Fig['IR plots the negligible. Note that for larger expected latencies, the pe
marginal RCSP approximation a®;, vs. n for m = 1,4,8 symbol extra information of NTC will become even smaller.
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o7 SNR = 2.0 dB, Capacity = 0.6851 Repeated TR-NTC on AWGN. SNR = 2.0 dB, Capacity = 0.6851, k = 64
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Fig. 13. The effect of specifying a constraint on the outagebability p4 80 90 100 110 120 130

on the latency vs. throughput. Blocklength

Fig. 14. A comparison of the decoding error trajectories aftj RCSP
o ) approximation, marginal RCSP approximation, simulated-diéicoded con-
F. Optimizing Increments for Non-Repeating IR-NTC volutional codes and random-coding lower bound fox 64.

Repeated IR-NTC has an outage probability of zero because
it never stops trying until a message is decoded correctty. Decoding Error Trajectory with BD Decoding

However, this leads to an unbounded maximum latency. Using.l.he optimization of increments in SEE_V-B uses the joint

? nogrepgatmg}IR.-I\_thCRscc::g(;me, optlmlz?gon of trgnsmn;& RCSP approximaticﬁto find the highest expected throughput
en?_ ts usmtg ; ?lo'?h bapp;c_mma |ontc?? Incorpora ;. The joint RCSP approximation provides a set of joint
a strict constraint on the number of incremental transiomssi decoding error probabilitie8|E,, |,j — 1,...,m, which we

S0 .th".ﬂ the transmitter gives up after tran_sm|SS|ons. This call the “decoding error trajectory”. If we can find a family
optimization can also include a constraint on the outa

. N ; f rate-compatible codes that achieves this decoding error
probability, which is nonzero for nor.1-repeat|r?g IR'NTC', trajectory, then we can match the throughput performance
To handle these two new constraints, wesfixand restrict g,ggested by the joint RCSP approximation. For the short-
P[E,, ] to be less than a specifigduage Without modifying |5tency regime, e.gk = 16 and k = 32, one should use the
the computations of’[E,,, ], the optimization is adapted tonarginal RCSP approximation with ML decoding to study
pick the set of lengths that yields the maximum throughpy{e decoding error trajectory for a better approximation. T
S:L.P[Ey, ] < pouage When there is a decoding error after thgjemonstrate an example of the decoding error trajectory we
mth transmission, the transmitter declares an outage eveint &,c,,s our attention on the caselot= 64 and use BD decoding
proceeds to encode the nexinformation bits. This scheme throughout this subsection.
is suitable for delay-sensitive communications, in whiettad Fig.[I2 presents the decoding error trajectorieskfor 64
packets are not useful to the receiver after a fixed number g{y,,, — 1,2,5,6 using the joint RCSP approximation. Each
trgnsmission attempts. The expected number of channel URectory corresponds tola—= 64 point on theR; vs. £ curve
¢ is given by . in Fig.[d. For example, the decoding error trajectoryifor 64
(=1, + ZIjP[Enjfl]' (48) andm =2 consists of the two blue square markers in_E|'§: 14
and corresponds to the point on the blue solid curve in[Big. 9
. . with & = 64,m = 2.
The expected _thrO_UthLRt is again given byk/( and the Fig.[14 also shows the decoding error trajectories for the
outgge probability i[E:,,,]. - ) random-coding lower bound using](8) with = 5, as
Fig.[13 shows how the outage probability constraint affecige|| as the simulations of the two tail-biting convolutidna
the R, vs. ¢ curve. The maximum number of transmissionggges presented in S4C_II-B with = 5. The dashed line
is fixed to bem = 4. The constraint values we consideregs the decoding error trajectory using the marginal RCSP
for the outage probability (error probability of the fourthapproximation. The marginal RCSP approximation provides
transmissionP(E,,| = p4) are 1 (no constraint)l0~*,107° 3 good estimate that can serve as a performance goal for
and 10—, Stricter constraints on outage probability increas&acticm rate-compatible code design across a wide rahge o
the average latency. According to the joint RCSP approx-p|ocklengths.
imation, however, it is exciting to see that the loss in the \whjle the 64-state code is not powerful enough to match

expected throughput is only.022 bits around latency 0200  the trajectory suggested by the joint RCSP approximattu, t
symbols compared to the unconstraingg even with the

outage constraint, = 10-10, 8Note that for joint RCSP approximation we only use BD decgdin

Jj=2
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SNR = 2 dB, Capacity = 0.6851, k = 128 blocklength corresponding to capacity grows logarithrifjca

-l &:ssfffffff::::: e, | with the expected latency. This is a requirement that islyeasi
. AORTUURRE TR P met by practical systems. In contrast, the expected latency
510 | o TTre e T 1 penalty associated with decoding time limitations is linga
F’jolo'a i 7 the interval between decoding times. This forces the iaderv
-_§10" S T 1 to grow sub-linearly in the expected latency for systems to
g7 , ‘\» { approach capacity.
510° N 1 The second part of this paper introduces rate-compatible
£l - ©-m =4, no constraint on py | sphere-packing (RCSP) and uses this tool to analyze and opti
'3; w? | “hom=4,py = 10:: | mize IR-NTC systems for the AWGN channel. The joint RCSP
2 ool :::mfj’“jgf‘w ' | approximation with BD decoding optimizes the incremental
. il " lengths 1, ..., I,, for small values ofm in a repeated IR-
1or * 1 NTC system. We found that under BD decoding, the marginal
1 2 3 ; RCSP approximation is a tight lower bound of the joint
Transmission Index RCSP approximation of expected throughput and simplifies

the computation. This simplification allows optimizatiofitioe
Fig. 15.  The effect of specifying a constraint on the outagebability njform incremental lengtff for repeated IR-NTC with larger
P[Ea] = pa on the decoding error trajectory fér = 12. values ofm. The marginal RCSP approximation can also be
computed for ML decoding, and the difference between ML
decoding and BD decoding is significant for short expected
encies. For expected latencies larger tt2@0 symbols,
wever, we observed that the difference between ML and

1024-state code closely follows the trajectory for = 5 and
therefore has a performance very close to the joint RCSP ( gt
Fig. [10). Thus there exist practical codes, at least in so )
cases, that achieve the idealized performance of RCSP. BD decoding becomes small.

Fig.[I3 shows how the outage probability constraints affect For relatively small values ohlandN, a rgp_eated IR-NTC
the decoding error trajectory fdr — 128 andm — 4 using system can approach the capacity of the original AWGN chan-

the joint RCSP approximation. Curves are shown with £l with e_xpected latencies grou_nd 200 symbols. we app!ied
constraint on the outage probability and forp, constrained the marginal RCSP approximation assuming BD_ decoding
to be less than0—*,10~> and10~1°. For ease of comparison,2c/0Ss @ range of SNRs to an IR-NTC system with= 8
the z-axis is labeled with the transmission index rather th d expected latencies at_or below_ 2(.)0 symbols. The results
blocklength as in Fig—14. showed throughputs consistently within about 0.2 dB of the
rformance corresponding to the original AWGN capacity.
e NTC introduces additional information that can gergral
cause IR-NTC achievable rates to be above capacity. When

At each index, the blocklengths corresponding to the curv%%
with different constraints are different. For example,rans-

mission index two, the curve withy = 10~* has blocklength .
hy g is less thar8 and the expected latency is ab@@) symbols,

191 whereas the curve witpy = 107'° has blocklength h this i i th hout is limited t litib
211. An important observation is that even for relatively low owever, this increase In throughput Is imited 10 neglg!

outage probability constraints such as= 10717, the initial va_lu.esl (pl\(\e/f/?;,zjharr?.m t|)|ts) so_t that comparlsbc:ns with the
transmission should still have a relatively high decodingre ongina channel capacity are reasonable.

rate in order to take advantage of instantaneous informatio For non-_repea_ltlng lR'NTC’. we can use the _jomt RCSP
densities that may be significantly higher than capacity. approximation with BD decoding to optimize the incremental
lengths I1,...,1,, under an outage constraint. Numerical

result shows that for an expected latency ab2¥e symbols,
strict outage probability constraints can be met with malim
Inspired by the achievability and converse result§'in [1#] a loss in throughput.
practical simulation results in [26], this paper studiesdfigack ~ From a practical code design perspective, this paper demon-
communication systems that use incremental redundancy. ¥#ates an IR-NTC system fon = 5 incremental transmis-
focus on the convenient model of IR-NTC, in which a streasions based on &024-state, randomly punctured, tail-biting
of incremental redundancy concludes when a noiseless €ongwnvolutional code with optimized transmission increnseAt
mation symbol is sent by the transmitter once the receiver hghort expected latencies, the resulting IR-NTC systemezice
successfully decoded. the random-coding lower bound df J15] and closely matches
VLFT achievability in [15] uses a non-repeating IR-NTChe throughput-latency performance predicted by RCShor t
system with an infinite-length mother code and decodi®yVGN channel at low latency.
attempted after each received symbol. The first part of thisRate-compatible codes for IR-NTC systems that match
paper shows that a finite-length mother code (implying réhe performance predicted by RCSP remain to be identified
peated IR-NTC to achieve zero-error communication) witfor expected latencies betwe@0 and 600 symbols. This
decoding attempted only at certain specified times can spper demonstrates that the decoding error trajectorydbase
approach the VLFT achievability curve. The finite-lengtlon the marginal RCSP approximation can provide the target
constraint introduces only a slight penalty in expectedrlay error probabilities for designing such rate-compatiblees
as long as the additional length of the mother code beyond thpproximations based on both ML decoding and BD decoding

VI. CONCLUDING REMARKS
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can be used. BD decoding is easier to compute and we showedupper bounded as:
that the difference between ML and BD decoding becomes - B N B
small form > 1 and expected latencies larger thz00. The Plg-(U.Y7) # W] =Plgn(U.YT) £ W, 7 =N]  (58)

design of rate-compatible codes matching the marginalfRCS N

decoding error trajectory for expected latencies betwf#h =P ﬂ G (59)

and 600 symbols is a challenging open problem in channel J=1

code design. < P[Cn (60)
I (61)

In other words, the error probability is upper bounded by the

error probability of the underlying finite-length codg;. =
APPENDIXA

PROOFS FORVLFT WITH PRACTICAL CONSTRAINTS

Proof of Thm[B: The proof follows from random coding

and the following modification of the tripletf,, g,, ) of
Proof of Thm[R: Consider a random codebodk;, = Thm.3: Forkvi 1g 9 _._I|Iet (I ' g') be delﬁngéc ag: ™)

{Cy,...,Cas} with M codewords of lengthiv and codeword
symbols independent and identically distributed accadin , fn(U, W) if n<N
to Px. To construct a VLFT code consider the following FalU, W) = {fnkN(U W) if kN<n<(k+1)N
(U, fn, gn,7): The common random variable 7 N
gn (U, Y™) ifn<N

Miimes gn (U, Y") = { (U, Y{y.,) if kN <n<(k+1)N
In—kN (U, Y5 ! <n=
UecU=X"x---x XN, (49) .

o Let the new stopping time’ be defined as:
is distributed as:

M " =inf{n: g, (U, Y")=W}. (62)
U~ HPXN- (50)  The error probability is zero because the definition of the
J=1 stopping time 7’ ensures that decoding stops only when
A realization of U corresponds to a deterministic codeboothe decision is correct. As mentioned above, the new en-
{c1,...,car}. Let Cy(n) denote thenth symbol of the coder/decoder sequentf,, g, ) is simply an extension of the
codewordCy, and let[C;]" denote the first» symbols of VLFT code in Thm[2 by performing an ARQ-like repetition.
the codewordC;. The sequencéf,, g,,) is defined as The expectation of’ is thus given as:
fn(U,W) = Cw(n) (51) Nl m N
gu(U,Y") =arg_max i([C;]5Y"),  (52) Erl= 2 F |16 +F| (16| BT ©63)
Jj=1,....M : n=0 j=1 j=1
and the stopping time is defined as: N-1
. < ) PEa] + PUNIE[], (64)
T=inf{n: g, (U,Y")=W}AN. (53) o
The nth marginal error eveny,, is given as: which implies that:
N—-1
G = { U ey > i<cev;y">} D Efr] < (1-Plv) ™ 3 Pl (65)
. n=0
JFW
, } Applying the RCU bound to replace eadW(¢,] with &,
Following {11)-{I#) we have completes the proof. [ |
N—-1
E[r] = > P[r>n] (55)

;:01 Proof of Thm[#: We define a pair of random walks to
- simplify the proofs:
< 3 P s6) SR e P
n=0 S, 2i(X™Y™) (66)
As in [15, (151)-(153)], the union bouri®(¢,,) < &, provides S, 2i(X™Y™). (67)

an upper bound o 4) as follows:
PP a4 Referring to [(R), note that for any measurable functjfowe

E[r] < Nizlfn ’ (57) have the prorierty:
o E[f(X",¥")] = EIf(X" Y")exp{=S.}].  (68)

whereg,, is given in 7). Letting Px to be a capacity-achieving input distribution,
With a similar bounding technique, the error probabilitpcaobserve thatS,, and S,, are sums of i.i.d. r.v.s with positive



and negative means:
Eli(X;Y)=C

(69)
(70)
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Using [68) we have the following:
E [exp{_ [skﬁ}} =P[S >0 +P[Sy<0]. (81)

S;, and Sy, are sums of i.i.d. r.v.s with positive and negative

whereC' is the channel capacity andis the lautum informa- means, respectively. Thus by the Chernoff inequality, both
tion [41]. The sequencésS,, —nC},, is a bounded martingale tarms decay exponentially ib, yielding
based on our assumption that the information density of each

symbol is essentially bounded. Hence, by Doob’s optional

stopping theorem we have for a stopping time

E[S,] = CE[r]. (71)

Properties[(68)E(41) are used in the rest of this appendix.

Using the definitions of{86) and(67) il (7) producesl] (72).

Weakening the RCU bound using] (8) and replaciig— 1
with A in @) for simplicity produces[(13):

& =E [min {(1, (M — 1)P[S, > S,|X"Y"]}]  (72)
< E [exp{—[S, —log M]*}] . (73)
Applying (Z3) to Thm[3B yields the following:
1 N—-1
(< T nz:% E [exp {~[S. —logM]T}] . (74)

Consider an auxiliary stopping timew.r.t. the filtrationF,, =
of{X", X" Y}

T=inf{n>0:5, >logM} AN. (75)

For a specified sel, useE[X; F] to denoteE[ X 1] where
1g is the indicator function of the sef. We now turn our
attention to computing the summation [0n[74). LettihAgbe
the set{7 < N}, we have the following:

Z_ E [exp{—[Sn — log M]*}]

=E|7—14+ >  exp{—[Seir—logM]'};E
k=0

+ NP[E9]. (76)
On E we havei(X7;YT) > log M and hence:
[Szik —log M| =[Sz — Sz + Sz —log M]™  (77)
> [Sryn — Sz T (78)
L8t (79)
where the last equality is equality in distribution and igetr
almost surely by the strong Markov property of random walk
Applying (71)-[79) to [76) yields:
N—-1
Z E [exp{—[Sn — log M]*}]
n=0
N-1-7
<E[F—14+ >  exp{—[S]'HE
k=0
+ NP[E9]. (80)

P [Sy > 0] +P[S < 0] <are "2, (82)

for some positive constants andas.
Thus there is a constant > 0 such that:

N—-1-7% N-1
Y. Elexp{-[S:]"}] < Y Elexp{-[Si"}] (83)

o
< aye ke (84)

k=0
_ are” (1 — e:(Nfl)az) ©5)

1—e

= as . (86)

We assume tha$,, has bounded jumps, and hence on the set
FE there is a constant, such that

Sz —log M < ayC'. (87)
Therefore from[(7Z]1) we have that on the det
B[ < 2BM L, (88)

We are now ready to provide a bound @nl(74). Letting=
a3 + a4 and applying[(8B)E(86) and (B8) tb ([76) we have:

< (1-Plty]) ! (% +as+ N]P’[EC]) . (89)

For a fixedM with random coding, there is a constait> 0
such that withCa = C — A and N = log M/Ca we have
the following bound on error probability:

]P)[CN] S bQ exp(—Nbg) y (90)

for some constants, > 0 andbs > 0.

Recalling thatS,, is a sum of i.i.d. r.v.s with meaid’, let
N =log M/Ca we have by the Chernoff inequality that:

P[E] = P[Sn < log M] (91)
S bo exp {—blN <C - loi/,M) } (92)
— by exp {—bl log M A} . (93)
Ca
gombining [(8P) and[{93) we have the following far
lo, lo, 9
é<gTM+a5+§—AMMblecA (94)
B 1 —P[¢n]

Now applying [9D), notice that we are only interested in the
first two terms of the expansiail —P[(x]) =t = 1 +P[¢y] +

P[(n]? +... on[0,1). Thus
log M bo log M by log M
£= C CAMDIA/Ca C(Mba/cA) +as (95)
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(1—&n)t<ni+1Y Elexp{—[S,, —log M]"}] (113)
j=1
. m1-j +
“E|m+G-DI+T Y exp {— [Snm - logM} } .E| +E[ny + (m — 1)I; E9) (114)
k=0
m—l—j +
<E[FE+IE| Y exp {— [Snm “log M] } .E| + NP[E¥] (115)
k=0
m—1
<EFE|+IE|Y exp {— [Snkﬁ} .E| + NP[E] (116)
k=0
< k’%M + NP[E]] + O(1). (117)
for someag > 0. Hence forM large enough we havE (19 complication of a finiteN:
Proof of Cor[1: We first chooseV to scale with?¢ with < n;+ IZ P[¢n,] (106)
a factoro to be chosen later: j=1
N=(1+0)e. (96) <m+I1Y E {exp {— (S, — 1ogM}+H (107)
Then by the converse (Thifll 5) we have: =1
<nj+IE[j — 1]
log M log(¢ + 1) + loge — §4C
== <C+ 97) oo +
N (1+0)t +1YE [exp {— [s,w “log M] H (108)
<Cc-¢. (98) pary
The term¢d’ on the right is positive by setting: < E[f] + IZE [exp {~[Sn,] "] (109)
log(¢+ 1) + loge k=0
5> T : (99) < E[7] + Ia3 (110)
Again by the Chernoff inequality we have: < log M + T+ Ias (111)
/ —
P[r" > N] =P[Sy < log M] (100)  fo someas > 0 and someuy > 0, where [1ID) follows by
<P[Sy — NC < =N?'| (101) applying the Chernoff inequality anB(111) is a consequence
< byexp{—L(1+6)b1d'} . (102) of the jumpsS,,, being bounded bya,C for someay > 0.

Sinced is chosen such thadg M /N is less than capacity, we
also have[(90). By reordering(89) we have for sdfé; > 0
such that:

log M

> ¢ [1 — bye~t1+D _ (1 4 5)bge*b’zf} — b,
(103)

which implieslog M; (¢, N) > £C — O(1) for N = (1 4+ 6)¢
and large enough. [ |

Reordering the equations gives the result. [ |

Proof of Lem.[OL: Consider the same random-coding
scheme as in Thni] 6 with encodef$(U, W) and decoders
g, (U, Y™), an initial blocklengthn,, and a uniform increment
1. However, the number of increments is now limited to a finite
integerm. The finite block-length is then given by = n,,
wheren; = n; + (j — 1)I. Similar to Thm.[#, define the
auxiliary stopping time as:

j=inf{j >0:8,, >logM}Am. (112)

Proof of Thm.[B: Consider the same random-codingimilar to Thm.[# we have(113) t&(117), shown at the top

scheme as in Thni] 3 with encodef$(U, W) and decoders
g (U, Y™). The auxiliary stopping timé of Thm.[4 is altered
to reflect the limitation on decoding times as follows:

F=n1+ (G — DI, (104)
wherej is also a stopping time given as:
j=inf{j >0:8,, =i(X";Y"™) >logM}. (105)

The rest is similar to the proof of Thrll 4, but without the

of the page. In[(113) td (117§ is the set{j < m}.
Let the scaling ofin be
— 1
ICA >+ w

= (-

which yields a similar choice oV as in the proof of Thni]4:

log M
N=ni1+(m-1I> bl
Ca

logM ny

(118)

(119)



21

The rest of the proof follows as in the proof of Thi. 4.m from the above derivation by changing the integration iakr
from (rq, 00) to [0,7]. For the upper bound o, apply the

APPENDIX B Chernoff inequality with the fornP[X < r] < E[e="X]e"".
CHERNOFEBOUNDS FORRCSP Taking the infimum ovew > 0 gives the result. u
This appendix gives the proofs of the upper and lower The following theorem extends the upper bound of the
bounds provided in Sed_WAC. Lef,: = dF,. be the above lemma for then-transmission joint error probability
) X X

density function of a chi-square distribution withdegrees of 9iven in [40), which depends on the initial blocklength —

freedom. The following lemma gives upper and lower bounds @nd them — 1 step sizes, ..., I,

on the joint of a pair or error events. Theorem 9:Let u; < 1/2,i = 1,2,...,m be the param-
Lemma 2:For an AWGN channel, lef(,,, }-., be the error eters for each use of Chernoff bound in the integral. Define

events of RCSP with bounded-distance decoding. We have theg; (uf*) by the following recursion:

following upper and lower bounds on the probability of a pair

of joint error events;,,; and¢,, wherej < i < m:

P [ng >(1- 2u)rﬂ
ur?(l _ 2u)n1/2
X2, < (1 2up?]

urf(l _ 2u)n7/2
— wi, ]P)[<7h] - w?) ) (122)

1= Ul

—Im

2
g1 =e "m(1l—2uy)2
hi = hi—1 +ui(1 —2h;_1),

P[Cn; N¢p,] < inf , (120)

T 0<u<1/2

@

“Im—it1
gi = gi—ie W 1m2hio (1—2h;—1) 2
P

—

(121) Note the property that — 2h; = [],;(1 — 2u;). We have

PCS NCp,] < inf
g 0<u<1/2

P[Cn,; N Cn,] > max (P[Cy,

—

gm—1 (WP (X3, > (1 = 2hm1)r?]

wherew; andw, are given as: P[En,.] < L%f (1 = 2hy_q)1/2 - (131)
or? 2 2 . .
el [an > (1 +2U)Tg} Proof: The proof follows from changing the variables
= ;gfo (1 + 20)m/2 ’ (123) *jteratively similar to the proof of Lenf]2. |
—vr? 2 _ 2 Several versions of lower bounds of the joint error prob-
eTVP |x2 < (1 —2v)r?
wy = in " i (124) ability with m transmissions can be obtained by different
0<v<1/2 (1 —2v)m/2 expansions of the joint events, and the recursion formulas
Proof: It suffices to show the bounds fdy,, N ¢,,. Let follow closely to those in Thni]9 and Lef 2. The following
the setA{(r,%) be defined as: corollary gives an example of one specific expansion that
. ‘ ‘ yields a lower bound in a recursive fashion and the other
Al(r}) = {Zﬁﬂ 2l I > Tﬁ} - (125) formulas are omitted.

Corollary 2: With the same recursion as in Thid. 9, the

Applying the Chernoff inequality td_(40) famn = 2, we have -
lower bound is given as:

o FetXTy fe () P(E,, ] > max{0,p} , (132)
Pléns N Ga] < /T% w0 (126) wherep is given as
= / 00(1 — Qu) 2 2emulri—t) Fa (t)dt (127) =  Gm—1(uP X3 < (1 = 2hp—1)rd]
ri ' PG| - iﬁ}f (1= 2hy,_1)1/2 '
N o (133)
= (1 - 2u) /2w /A,l ) Wdzfl (128) Proof: ExpandE,, as
-5 z;;/z 1
i ot Ne e nena) o
= (129) 1<j<m 2<j<m 2<j<m

(1 — 2u)!2/2(1 — 2u)11/2¢ur3 _
a2 9 9 and the proof follows from applying Thni] 9 except for the
_ e P [xt, > (1 — 2u)ri] (130) last event;,,, which givesP [x7 < (1 — 2h,,1)r?] instead
(1 — 2u)N2/2 ’ of P[x2, > (1 — 2hpm_1)r?]. m
where [I2D) follows from a change of variabl¢ = (1 +  Applying Thm.[3 for the case ofr = 2 gives a proof of
2u)'/2z;. Taking the infimum over < 1/2 gives the result. Thm.[8 as shown in the following.

We provide a sketch of the proof fo_(47) and the lower Proof of Thm[B: We first show that botH[34) and{45)

]?»([)Cun%lecl O]WS ;‘Pr)&m ] ?I;[?bsr? ?Ce ]th?teCtm QC”Q]I]DE PE?C]]_ follow immediately from properties of probability. For atwo
n1 nal = nal T ny nolt wy = n1 nals . S .
we = P[(;;, N¢n,] and finding the upper bounds of them yieIdSEtSA’ B we can write a disjoint union of A as

the lower bound. The upper bound @9 and also[(417) follows (ANB)U(ANB®) = A. (135)




22

Letting A = ¢,,, and B = E,,,, \ (,,, = Fn,,_,, we can and hence

rewrite the expression &[FE,,, | as

PlEn,.] + PlCn,, N E7 ] =PlGn,.]- (136)
We therefore have the following:
m—1
P(En,] = Pl¢a,,] — P [c nU c:;] (137)
i=1
m—1
> max [0,PlG,] = Y P{G, 0G| b, (38
j=1

where the last inequality can be seen as the union bound ©

H{(r)

"2 = n(l+mn)
T 92k/n

>

(143)

n. (144)

Therefore by setting? = 1/2log(1+n) the setd (r) becomes

{fﬂn : Z(fﬂi — ) >n,y" €5, ( n(1 +77))} .
= (145)

Let B, (r) denote a ball with radiug. With an additional
constraint thatz"

must also be in the ball with radius

: . n(l+n), we conclude that the codeword points must be
the second term of the first equality. in the ball B,, (/n7). The maximum energy of a codeword

To show the upper bound, a straightforward probabilit]-)é therefore

upper bound off,,, gives

P [En,] < PG,], (139)

which can be computed with the tail of the chi-square CDF
directly. SinceP [E,,,] < P[¢a,_, N¢a,], applying Lem[2 for
upper bounds off[¢,; , N ¢; | finishes the proof. m [
Note that alternatively, we can rewrite the joint error prob [2]
ability to obtain different upper bounds. For example, &rit

P[E,,], j <m as

P lﬁ <] —Pp lﬂ Cone N G

(31

J
M0 <:;m] .

[l

+P

i=1 i=1 i=1

(140) 18]
< PG, G+ PG, Gi-1] = PG, G—1,Gm] - (141)
6
Applying Thm.[9 to the first two terms and C&t. 2 to the Iast[ ]

term gives another version of the upper bound. Also note that
for rates above capacity, only (139) is active since the @bfér [7]
bounds give trivial results. 8]

El
[10]

APPENDIXC
THE AWGN POWER CONSTRAINT FORRCSP

[11]

[12]

Recall that for am-dimensional inputX™ for the AWGN
channel with unit noise variance and SNR the power
constraint is given asZ?Zle < nn. Assuming perfect
packing of M = 2% identical Euclidean ball®; with radii r
into the outer sphere with radiusyer = \/n(1 + 1), the radii 1]

for D; isr = 7”2’5:“") The codeword point, which is located
at the center of the decoding regidn, is at least distance
from the outer sphere surface assuming perfect packing and
within the outer sphere. [15]
Let S, (r) = {y" : >i_, y? = r*} be the sphere surface
with radiusr. The set ofxr € R” that is at least distance
away from the sphere surface with raditsger = \/n(1 + )

is given as

[16]

[17]

(18]

H(T) = {xn : Z(xz - yi)2 > 7”27V3J €S, (Touter)} .

i=1
(142)

[19]
AssumingR = k/n < $log,(1 + n) we have2??/m <1+

within the power constraift} , X7 < n if

k/n < +logy(1+ n), the capacity of the AWGN channel.
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