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Abstract

One key requirement for fountain (rateless) coding schemme® achieve a highntermediate
symbol recovery rate. Recent coding schemes have incdgubthe use of a feedback channel to
improve intermediate performance of traditional ratelessles; however, these codes with feedback
are designed based amiformly at randomselection of input symbols. In this paper, on the other
hand, we develop feedback-based fountain codes with dyadigradjusted nonuniform symbol selection
distributions, and show that this characteristic can eobahe intermediate decoding rate. We provide
an analysis of our codes, including bounds on computaticnaiplexity and failure probability for
a maximum likelihood decoder; the latter are tighter thamrats known for classical rateless codes.
Through numerical simulations, we also show that feedbad&rination paired with a nonuniform
selection distribution can highly improve the symbol remgvrate, and that the amount of feedback

sent can be tuned to the specific transmission propertiesgdfem feedback channel.
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. INTRODUCTION

Reliable communication over erasure channels has emesggadey technology for various networked
applications, for example digital video broadcasting amdrdghe-air software updates. In applications
where there exists a high-throughput feedback channedpaitc repeat request (ARQ) protocols guar-
antee reliability over erasure channels. However, wheh $eedback channels are not available, rateless
codes, such as the capacity achieving Luby-Transform (B phd Raptor codes [4], can often provide

reliable communication for sufficiently long block lengti$hese codes have a well-known all-or-nothing
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Fig. 1. Two-step rateless encoder with a degree distribugizd nonuniform symbol selection distribution.

decoding property (the so-called “waterfall” phenomenatere a jump in the fraction of decoded input
symbols occurs near the very end of the decoding procesagpdications with real-time requirements,
however, it is desirable to be able to recover symbols asdiegoproceeds, i.e., to achieve a high
intermediate symbol recovery rate.

In fact, the intermediate performance of classical codesbeaimproved by incorporating the use of a
feedback channel. For instance, a decoder in Real-TimedRMious [5] and Shifted-LT (SLT) [6] codes
sends the number of recovered symbols back to the trangnaitid this feedback is used to modify the
degree distribution at the encoder. Previous feedbac&ebemdeless codes are mostly based on adjusting
the degree of encoding symbols, e.g., by shifting the dedisteibution in the SLT codes. However,
after a degred is picked for an encoding symbal,input symbols are chosamiformly at randomand
xored to form the symbol. Moreover, the encoder does not hdl/éreedom in controlling the number
of feedbacks transmitted.

In this paper, we develop a class of rateless coding schdraesptimize for high intermediate symbol
recovery rate. At its core, our encoder uses a nonuniforacteh distribution that is dynamically adjusted
based on feedback information. Fig. 1 depicts a schematimuptwo-step encoder, where we illustrate
that the inputs are chosen according to a feedback-basedtisal distribution, rather than uniformly at
random. Feedback messages contain information on thendestaetween a received encoding symbol
and the set of already decoded symbols at the receiver. liggheral formof our codes, the encoder
estimates the probability that each input symbol has beeond#al (at the decoder), and these estimates
are then used to dynamically tune the selection of input sfsnithin subsequent transmissions. This
method enables the encoder to naturally track the decodogygss and generate encoding symbols that
result in a faster decoding rate compared with a uniformcsiele of input symbols. This class of codes
is suitable for the scenarios with relatively large feedbbhadgets, although we allow the decoder to
specific controwhenfeedback occurs (according to the budget).

On the other hand, thprimitive form of our code is designed based on a parsimonious use of the

feedback channel. In this case, the encoder learns whichagrhave been decoded, and those symbols



will be assigned with a selection probability of zero for sequent encodings. This coding scheme is
suitable for applications with limited feedback capacitgls as satellite networks [7], as we require the
decoder to opportunistically send just one bit of feedbablknvcertain conditions are met. Note that the
coding schemes proposed in this work are presented as emhants of LT codes for the case some
feedback communication is available. The motive to basecodes on the LT degree distributions is to
accommodate cases where feedback is extremely limited mpletely unavailable, in which case we

fall back to the standard LT performance. That said, the saethodology can apply to different rateless

codes in the literature, and to others to be proposed in tlugefu

A. Organization

The rest of this paper is organized as follows. In Section & @escribe the problem setup and
review various related coding schemes. Section Il prestra most general form of our coding scheme.
Section IV describes the primitive form of our codes adaftmdconstrained feedback applications.
Coding analysis for short block lengths is presented in iSec¥, followed by maximum likelihood
decoder analysis in Section VI. Simulation results areqaresdd in Section VII. We conclude with overall

thoughts in Section VIII.

Il. BACKGROUND

This section describes the problem setup and some previotlsam rateless coding.

A. Preliminaries

In the rateless coding setup, it is assumed that an encogerdtaster) hak input symbols to transmit
to all receivers over an erasure channel, and that there miay @ feedback channel through which
receivers can send some information back to the encodey. Transform (LT) rateless codes [3], as the
first practical realization of fountain codes, support fidtovery ofk input symbols using an expected
number ofk + O (x/Elnz(k:/é)) error-free transmissions with a given recovery failurebataility 6. To
generate an output symbol, the encoder first picks a codigged@ according to the Robust Soliton
distribution [3]. Next,d input symbols are chosen uniformly at random without regaent, and their sum
over an appropriate finite field forms the output symbol. ¢ediof thed selected input symbols, referred
to asneighborsof the output symbol, are made available (i.e., as metatimdtion) to the decoder. In
total, the coding operations incur the computational césD ¢k In(k/0)).

The LT decoder (so-called Peeling decoder) uses a simplsagepassing algorithm, with a complexity

typically less than traditional Gaussian elimination noetk In one variant, the decoder finds all encoding



symbols with degreé, whose neighbor can be immediately recovered. These resmweput symbols
are then excluded from all output symbols that have them @#bers, reducing the number of unknowns
in those encoding symbols by one. This process continudkthate exists ho encoding symbol with
degreel. Decoding succeeds if all input symbols are recoveredrratevely, decoding fails if, at some

point, there is no output symbol with degrée

B. Related work

Both fixed rate low-density parity-check (LDPC) codes [8lidiurbo codes [9] are capable of correcting
bit errors, as well as erasures. Byetsal. in [10] have presented fixed rate Tornado codes as a class of
simplified capacity-achieving LDPC codes. Within the cantef rateless coding, random linear codes
(see, for example, [11]) are well known due to their low comination overhead, but the encoding
and decoding computations make them practical only for lsmassage sizes. On the other hand, Luby
Transform (LT) [3] codes and their extensions such as Rajuides [4] are examples of rateless codes that
are asymptotically optimal and also have computationdiligzient encoding and decoding algorithms;
unfortunately, they usually have poor performance for silaick sizes [12] and various optimization
methods (e.g., [13]) have been proposed for these cases.

In some applications, like video streaming, intermedigtal®ol recovery is important, as it is desirable
to decode some symbols before an entire frame has beenedcéikie authors in [14] design a degree
distribution for high intermediate symbol recovery rate@ecently, there have also been proposed rateless
protocols that utilize side information fed back from thecoder to the encoder. Based on the type of

feedback used, they can be divided in the following categori

« the receiver sends theumberof decoded symbols to the transmitter;
« the receiver suggests to the transmittdrat kind of degreei should use for future encodings; or

« the receiver notifies the transmitter which input symbols have been recovered.

In the Real-Time (RT) oblivious codes [5], the encoder statith degree one symbols, and it increments
the degree of encoding symbols based on feedback messagkeis. tase, feedbacks contain information
on the number of recovered symbols. Shifted LT (SLT) codexp@sed in [6] use the same type of
feedback information as the RT codes, but instead of eflgliticreasing the encoded symbols degree,
the encoder shifts the Robust Soliton degree distribufldrere also exist rateless-type codes with real-
time properties that allow intermediate knowledge of sonpui symbols as the decoding progresses.
The authors in [15] propose Growth codes for the data catleawithin lossy sensor networks. Similar

to the RT and SLT codes, Growth codes’ degree increases atiieg progresses.



As another type of feedback, the receiver in [16] has theitalib control the decoding progress
by requesting particular degrees. In this method, the geermumber of output symbols required for
decodingk input symbols is shown to be upper bounded 10336%. Yet another type of feedback in
[12] contains the identity of recovered symbols, which aseduby the encoder to redesign the degree
distribution for subsequent transmissions. Recentlyathiors in [17] have proposed a heuristic to use
a hybrid feedback-based rateless codes, called LT-AF, iohwthe receiver alternates between two types
of feedback messages: the first type of feedback containsutmber of decoded symbols as in the SLT
and RT codes, while the receiver requests a specific inpubsithrough the second type of feedback.

In this paper, the type of feedback used is based on distafimariation by which the encoder learns
about the state of individual symbols at the decoder sideeBan the feedback information, the encoder
tunes a nonuniform selection distribution to choose neighlof encoding symbols. This is a key point
as all previous rateless codes are built upon a uniformiamdom selection of neighbors. Moreover, we
do not assume that the feedback channel is high bandwiditead, we strive for a parsimonious use of
the feedback channel. Indeed, in the primitive form of oudesy the feedback is exactly one bit (plus

some header information) for each of a small fraction of sk symbols.

I[1l. NONUNIFORM RATELESS CODES. GENERAL FORM

Previous rateless codes with feedback are mostly desigasedbon modifying the output symbols
degree distribution according to feedback informatiom,.,eby shifting the degree distribution, or by
explicitly increasing the degree. In these schemes, wheodag degreel is picked,d input symbols
are selected uniformly at random to construct an encodingbsy. Moreover, in most of previous works,
feedback information does not provide a complete picturehef decoding state at the receiver side.
For instance, sending the number of recovered symbols ifi] [Bpes not provide information about
the decoded symbols themselves. Within this context, wegmtea nonuniform rateless coding scheme
wherein various input symbols are selected based upon aniforma distribution. In particular, the
selection distribution is tuned according to feedback mgss, which contain the distance of received
symbols to the set of already recovered symbols at the recdie definition of distance quantity is as

follows:

Definition. Given a set of recovered symbdlsand an encoding symbgl that has a set of neighbors
A, the distance betweeny and(C is defined as:

dlSt(y,C) = Z ﬂxiéCv

wherel, is an indicator function that is equal to 1 if and onlyafis true.
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Fig. 2. Distance graph labeling: A labét;, ¢;) implies that the input symbot; has been decoded with probabiligy up to
the current state. Labels of output nodgsare defined to be the number of neighborsypfvith a label of less than.

The distance quantity simply corresponds to the numberighbers ofy that are not already decoded.
As an example, suppose that input symbals.., z, are encoded and transmitted in the following order:
Y1 = 1 + Ta, Y2 = x1 + T4, y3 = x4, andy, = x1 + 221 The distance from eithey;, or y, to the set
of recovered symbols ig; thereafter, fromy; the distance id, and finally, fromy, the distance i$ (as
x1 andzy will be decoded after receivings).

Ultimately, the goal of the encoder is to generate encodymgb®ls based on the state of the decoder
in such a way that more “helpful” symbols have a higher saagbrobability. To this end, the encoder
uses distance information to estimate the probability #sth input symbol has been decoded (at the
receiver), and these estimates are used to bias the saletiigput symbols. In this approach, the receiver
can adjust the number of feedbacks using a paramegerthat one feedback transmission follows after
everys received encoding symbols. The parametean be set to any arbitrary value, depending on the

feedback channel available.

A. Processing distance information

In order to process distance information, the encoder oactsta bipartite graph wherein input symbols
are placed on the top and encoding symbols at the bottom,caensin Fig. 2. In this graphlabelsare
assigned to input and output symbols. In particular, labahanput symbol corresponds to its probability
of having been decoded, while label of an output symppresents the number of neighborgjafith
label less tharl. For instance, assume that aftefeedbacksn; neighbors ofy are labeledl (i.e, they

have been decoded). Therefore, the label,oflenoted byi;, is calculated as
Iy = d —ny; 1)

whered is the degree ofy. In this equation, the encoder excludes the recovered beighfrom the

labeling process. Next, in order to calculate the label ofirggut symbol, we assume that theth

For the sake of clarity, we assume that encoding and decadmgerformed over the fielH,.
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Fig. 3. The encoder estimates the probability of having b#ssoded (i.e.¢;'s) for input symbols. Probability (white color)

implies that the symbol has been decoded, while probalilifplack color) shows that the symbol has not been decoded yet.

feedback message contains the distaficeorresponding to the encoding symhpl= ZjGA zj. The

label of a constituent symbal; is then defined as:

l—1

l, —

qj,t = Maxq qjt—1, ( {t ) = max{‘]j,t—b d ft}- 2)
(1) l

It should be noted thal; is the number of neighbors with a label less thamand f; is the number

of undecoded neighbors. Therefore, the probability of hgthe neighbori decoded is calculated as
%. Finally, after receiving a new feedback messageis updated to the maximum of its previous
value and the calculated probability at the current step.iffstance, assume that the encoding symbol
y = 11+ 22+ 23+ 24 has a distance of with the current state of decoder, meaning that two neighbbr

y have not been decoded yet (the encoder does not know whichymbols). If the encoder has already
assigned label to z; (i.e., z; has been decoded), then the encoder uniformly divides gtartie of2
between the remaining symbols (i.eg, x3, and z4), suggesting that each of them has been decoded
with probability % = % It should be noted that the subscripin ¢;, represents the evolution gfas

the coding proceeds. For simplicity, we drop it in our dissas.

Our labeling process tracks the state of the decoder by aimgnthis questionwhat is the probability
that an individual symbat; has been decoded up to this poi#® an example, Fig. 3 shows a realization
of input symbols at the encoder, where input symbols aregaedi with a probability of having been
decoded. In this casg; = 1 (white color) implies that symbol has been recovered, while = 0 (black
color) means that symbgl has not been recovered yet. Therefore, input symbols argnasswith a
weight betweerd and 1, which is used in the selection distributions defined in Beachl-B.

To examine the accuracy of the estimated probability vahgeinst the actual decoder state, we use

the Mean Absolute Error (MAE) quantity. Assume tibatis an indicator function representing the state
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Fig. 4. Mean Absolute Error (MAE) for the estimated probipibf having been decoded as the interval of feedback tréssam
(parameters) increases.

of symbol; at the decoder such thaf = 1 if symbol j has been decoded aig= 0 otherwise. MAE

is then calculated as:

MAE =

e
> lgj — byl,
=1

in which ¢;’s are estimated using (2). Fig. 4 shows the MAE quantity ayed over all feedback messages

| =

transmitted as the interval of feedback transmission, (parameters) increases. The results illustrate
that decreasing the interval of feedback transmission fiigher feedback rate) decreases the estimation
error.

Remark 1 (cumulative feedback informatiol)istance messages accumulate information across all
received feedbacks. Specifically, assume that there éxistput symbols at the encoder, and after
receiving a new feedback message, say ithie feedback, the encoder updates the probability vector
a: = (q1,6,92¢, -, qk,t), Whereg;, is the probability that the input symbgl has been decoded. The
encoder updates probability values corresponding to ibeighof the encoding symbol, and other prob-
ability values remain unchanged. This update mechanisswalthe encoder to accumulate information
across all feedback messages, noting that in previous &eg&diased schemes (e.g., sending number of
recovered symbols in [5, 6]), a new feedback makes prewaesleived feedback information obsolete.

Distance feedbacks provide implicit information about deeoder’s graph; however, it should be noted
that one can envision other techniques to learn about thedileg graph. For instance, the decoder can
send the whole decoding graph back to the encoder, and theignicoder would have full knowledge

about the state of input symbols at the decoder’s side. Thihoad, however, incurs high communication



overhead on the back channel. Next, we define nonuniform eimdélection distributions based on

probability valuesy;’s.

B. Nonuniform symbol selection

We discussed that the encoder uses distance informatiosata bbout the state of decoder. For the
sake of concreteness, assume that the encoder estimategptitesymbolz; has been decoded with
probability ¢;, and it has probabilityp; to be included in the next encoding symbol with degree
We aim to design a symbol selection distribution that pidkssed input symbols that can achieve a
maximum decoding progress. Specifically, the selectiotribigion should selectl — 1 symbols which
have been recovered with a high probability, and a singleb®jitihat has not been recovered with a high

probability. To put in a formal framework, we have the foliogy definition.

Definition. For a given input symbat and a set ofd — 1 input symbolsA4, the Decoding Probability

function DP(z, A) is defined as the probability of immediate decoding the isyutbolx after receiving
Yy=x+ ZieA T;.

In order to decode an input symbe} within a transmission, the transmitted symbol with the éegr
of d should include the undecoded symhglandd — 1 already decoded symbols. Symho} is not
decoded with probability — ¢;, andd — 1 symbols belonging to the set have already been decoded
with probability [, 4 ¢;. Therefore, at each step to transmit a symbol of degrebe encoder should
choosed input symbols(:nj., A*) satisfying:

(2}, A") = argmax DP(z;, A) = argmax (1 — ¢;) H G- 3)
(I]‘,A) (IJA) €A
7]

The solution of this optimization problem is determinisiit other words, the encoder always picks 1
symbols with the largest value gfxored with a single symbol with the smallest valueqofHowever,

it is desirable to preserve the same behavior with a prolstibischeme such that if an input symbol
is included in the solution of the deterministic formulatjat would also have a high probability to be

picked by the probabilistic method. This results in thedaling scheme to define the selection probability

Dj:

1—gq; if 0<qj<3;
Ppj X )
q; otherwise
In the second step of designing the selection distributiemnote that a single unrecovered (with high
probability) symbol should be included within each encgdaymbol. Therefore, based on the value of

g;'S, input symbols are divided into two subsets:containing undecoded symbols, and containing



decoded symbols. Input symbols with< ¢ < % are included inU and the rest are added to the set
D, and thus we may construct an encoding symbol of dedrbg selecting one symbol frorf based
on the selection distributio®;;, andd — 1 symbols fromD according to the distributio’,. Selection
distributions P;; and Pp are defined as follows:
= { Tt TSV | st TieD @
0 otherwise 0 otherwise

In the distributions is the size of subsdd. Finally, the encoder transmits the xord$elected symbols.

This scheme based on the distributioRs and Py; is refereed to as thAll-Distancecodes since all
distance feedbacks are needed to estimate probabilitye valsl Next, we relax this scheme in a way
that, instead of sending all distance values, the decqdantizesdistance values and allocates only a

single bit feedback for each received encoding symbol.

C. Quantized distance codes

The All-Distance codes work based on estimating probgbiiluesg;’s from distance information.
In this case, at most log(dmax) bits are sent back to the encoder, as each ehcoding symbols can
have distancel,, .., which is the maximum degree of an encoding symbol, notirag dh,.,. can be at
most equal tak.

To limit amount of feedback, we consider a scheme with a eififl feedback per received encoding
symbol. In particular, this scheme is based on the same ifisglitiing input symbols into two subsets;
however, instead of having an exact estimation of prolgbialue ¢;’s, the decoder decides to send a
feedback) or 1 based on the distance of a received symbol. More precisd@ydécoder calculates the
ratio of distance to degree for a received symbol, and if #tie iis larger than}, it implies that majority
of neighbors within the received encoding symbol have n@nbescovered. In this case, the decoder
allocates a single bit df as the feedback message. On the other hand, if the calcuktteds smaller

1
than 5

it shows that majority of neighbors have been decoded aedbfeck message would lie To
limit the number of feedback transmissions, the receiverdies the 1-bit feedback messages together
for every interval ofs received encoding symbols, and sends ¢H@t messages back to the encoder.

At the encoder side and upon receiving a feedback messag@responding neighbors are assigned
with ¢; = 0 and thus added to the subdét Conversely, if the received feedback contains a bitl ,of
corresponding neighbors are assigned with= 1 and grouped intdD. This quantizedversion ofg; is
equivalent to evaluatingg; | in (4) (lz] roundsz to its nearest integer). As a result, tiie and Pp

distributions would become uniformly distributed over thgbsetsD and U respectively. However, it



should be noted that with a high probability only a single ecwed symbol is included within each
transmission. Hence, splitting a single uniform distribatdefined over all input symbols (as it has been
used in previous rateless codes) into two disjoint unifoefeaion distributions, can significantly improve
the intermediate performance of rateless codes.

In terms of total amount of feedback, decoder sends exaoityhit feedback per received encoding
symbol, where the total number of encoding symbolglist ¢)k for a small value ofe. Recall that
the motivation behind the distance type feedback is to ledrout the state of individual symbols at
the decoder side. However, an alternative and trivial gmiuincludes sending the identity of recovered
symbols back to the encoder with potentially more feedbaek tould be up td log(k) bits. In this
case, it may not be clear how the encoder uses determinigtcmation on the identity of recovered
symbols. In fact, the authors in [12] use the identity of rred symbols in order to redesign the primary
degree distribution through a computationally expensigerghm; on the other hand, we use distance
information through a probabilistic scheme to dynamicakygign nonuniform selection weights to input

symbols.

IV. NONUNIFORM RATELESS CODES. PRIMITIVE FORM

In most of communication systems, a nominal utilization loé thack channel is desirable as the
bandwidth is mainly provisioned for forward transmissiohs the previous section, we presented a
nonuniform coding scheme based on distance feedbackseinhat distance information are fed back
to the encoder. In the scheme based on quantized distararenatfon, decoder needs one bit feedback
per received encoding symbol. In this section, we estalalisbding scheme called Delete-and-Conquer
with a more limited use of the feedback channel. In this cieedecoder is allowed to transmit one bit

feedback for a small fraction of received encoding symbetsen certain conditions are met.

A. Delete-and-Conquer codes

Recalling the definition of the distance metric, a dista0deappens if and only if all neighbors of
the received encoding symbol have already been decodeda®jma distancel occurs in the case that
there is only a single undecoded neighbor, which can thenebevered uniquely. In other words, a
distance of 0 or 1 provides information about the recovergafhbors that are part of a received linear
combination.

A Delete-and-Conquer encoder performs similar to the LTodecin that it first picks a coding degree
d from the degree distribution. However, in the second stepeticoder selectssymbols from ssubseof

input symbols. Specifically, upon receiving a feedback mgssthe encoder assigns a selection probability



Algorithm 1 Delete-and-Conquer Encodirg, 2, .., k)
1 z+0andm <+ 0

20 A+ {x1,29,...,2,} @and B + ()

3: while z < k do

4 Pick a coding degreé from the distributionQ;,_,,
5: Selectd symbols uniformly at random from set
6: Send symbol, as XOR ofd selected symbols

7: if feedbacky) = true then

8: C < Neighbors ofy
9 B+ BUC

10: m < |B|

11: A+ A\ B

12: end if

13: if Terminate =true then
14: z=k

15: end if

16: end while

of zero to the neighbors of the acknowledged encoding symilaole remaining symbols would have
an equal selection probability. Intuitively, the encodeletes recovered symbols and continues with a
smaller block of symbols; in so doing, the encoder also lesctéhe primary degree distribution (e.g.,
the Robust Soliton distribution denoted K)) to the smaller set of input symbols with size— m,

in which m is the number of deleted symbols. Excluding recovered sysntbom future transmissions
reduces the computational complexity at the encoder andd#gecAlgorithm 1 gives the pseudo-code of
the Delete-and-Conquer encoding scheme.

The Delete-and-Conquer decoder is based on Peeling dewdgiten slight modification that upon
receiving a new encoding symbol, the decoder checks if th&aukce is equal t6 or 1. The(0 and 1
distance feedbacks are indeed a generalization of theitnaali acknowledgment to the coded cases in
that they notify the recovery of a group of input symbols inea in an encoding. The pseudo-code of
the Delete-and-Conquer decoding is provided in Algorithm 2

Remark 2 (probabilistic feedbackin the case of severe constrained feedback, the receiver thdd
mechanism of probabilistic feedback control, in which fescks are only transmitted with a given

probability. An optimal feedback probability can be detered according to the capacity of back channel



Algorithm 2 Delete-and-Conquer Decoding bfsymbols
1: S+ 0 > S is the set of recovered symbols

2: while |S| < k do

3 y + Received encoded symbol

4 if Distancgy,S) =0 or 1 then

5: Send a feedback and set feedbagkrue
6: end if

7 call Peeling-Decoder

8: UpdateS

o: if |S| =k then

10: Terminate =true
11: end if

12: end while

13:

14: function DISTANCE(y, S)
15: distance« 0

16: for all neighborsz; of y do

17 if z; ¢ S then
18: Increment distance
19: end if

20: end for
21: return distance

22: end function

and the cost of feedback transmission. For instance, Fa&j. Sfows simulation results of the coding
overhead (i.e., number of forward transmissions normdlizith respect to the number of input symbols)
as the probability of sendingjand1 feedbacks increases. The results illustrate that whenrtitzapility
of sending0 and1 distance feedbacks increases, amount of forward comntiorisadecreases. On the
other hand, as Fig. 5(b) shows, the (normalized) numbemoftitted feedback messages increases with
the probability, as expected. Therefore, by adjusting tfabability of feedback transmission, decoder
would be able to control the number of forward and feedbagksimissions.

Note that the Delete-and-Conquer encoder learns aboutetw/ered symbols using a light-weight

feedback and excludes the recovered symbols from subsetgiarsmissions. Alternatively, the receiver
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can send the identity of recovered symbols back to the tratesmin this case, however, total amount
of feedback (up toklog(k) bits) is larger than the Delete-and-Conquer scheme. In faict 5(b)
experimentally shows that total amount of feedback senthieyDelete-and-Conquer decoder is strictly
less thank bits.

Remark 3 (broadcast scenaridljo generalize the Delete-and-Conquer codes to the brogstmasarios,
we note that excluding a subset of recovered symbols frorsespent transmissions may increase the
total number of transmissions (compared with when all reced¢ symbols are excluded), but it does not
impede the decoding progress. In the worst case, no symlbbped from the encoding set, which
reduces our codes to the original LT codes. Therefore, inoadwast scenario, the encoder can simply
take the intersection of collected feedbacks from differeceivers, and proceed with excluding those

symbols confirmed to be recovered by all receivers.

V. SHORT BLOCK LENGTH ANALYSIS

In this section, we precisely analyze the performance gafitise primitive form of our codes for very
short block length ok = 2 andk = 3 symbols. Although such small block lengths are not praktibay
provide some insight into the Delete-and-Conquer schemelafger block lengths, our exact calculation
of overhead in terms of degree probabilities becomes udwidtor the analysis purposes, we assume

that the forward channel is lossless.



A. Block length k=2

As the first case, we consider the block lengthkof 2 symbols, in which two input symbols;
and z, are encoded. We assume that the probability of degree 1ntrasion is equal t®@p, and the
probability of degree 2 transmission is— 2p. Therefore, an encoded symbol is equakitoor x5 each

with probability p, andz; + z2 with probability 1 — 2p.

Lemma 1. For the block lengthk = 2, if the probability of degree 1 transmission 2, then the
Delete-and-Conquer codes require an expected numbéﬁ%ﬂéi forward transmissions anglp feedback

transmissions for successful decoding.

Proof. A Delete-and-Conquer decoder can successfully decodeymbas withinn = 2 transmissions

under the following possibilities for the received symbols

{z1, 20}, {wo, 21}, {21 + 22, 21}, {21 + 22, 22}

The probability of terminating after two transmissions Istained asip — 4p?. Similarly, the decoder
would successfully recover; andz, within n > 3 transmissions in the case of the following received

symbols:
n—1 symbols n—1 symbols

{Z1 + 20, .y 21 + 2, 21}, {11 + 22, ..., 71 + 22, 72}

The probability of successful recovery in this case would be

Qn)=(1-2p)" " (p+p), n>3;

and therefore, the expected number of forward transmisdmnthe Delete-and-Conquer scheme is equal

to:
() 4]72 41
_ _ 2 _
per = 2(4p — 4p°) + ngzg nQ(n) = 5 (5)

To calculate the expected number of feedbacks transmittedhote that one feedback is transmitted

only in the cases of received symbdls;, z2} and{x2,x;} each happens with probability, and thus
the expected number of feedbacks transmitted woul@bdt should be noted that the last feedback
message is excluded from the count, as it is also needed ley otliing schemes to stop the encoder

from further transmissions. O

Theorem 1. For the block lengthk = 2, the Delete-and-Conquer codes provide a savingsf—f%‘ in

forward transmissions compared with the LT codes.

Proof. First, we calculate the expected number of transmissiomgined by the LT codes to recover all

symbols. To this end, we obtain the probability of full reeoywithin n > 2 transmissions. For instance,



Fig. 6. State space of the Delete-and-Conquer scheme3aiitbut symbols. The four states inside the box are considased

a single state. Notatiom;x; represents the symbal; + x;, and dotted red lines represent transitions with a feedback

in the case ofn = 2, the decoder should receive one of the following combimatito successfully

recoverx; andxs:

{1, 2o}, {z1, 1 + 22}, {wa, 21}, {w2, 21 + 22}, {21 + 22, 21}, {21 + 22, 22}

Accordingly, the probability of decoding within two tran@sions can be calculated as — 6p>. For a

general case ofi transmissions, one can see that the probability of recowéthin »n transmissions is:
P(n) =2p" " (p+ (1 —=2p)) + (1 =2p)" " (p+p);

and hence, the expected total number of transmissions is:

_ = 4p? —p+1
b= 2 P = ©
Using (5) and (6), expected amount of savimgs — n.p.; iS obtained.
O

B. Block length k=3

For the block lengtht = 3, the authors in [13] have derived the expected number ofdingsymbols
required by the LT codes for full recovery. In this model, #at of received symbols at the decoder
defines a state of an absorbing Markov chain, and the processtansmission of encoded symbols)
ends when it reaches to the absorbing state that includéspall symbols decoded. We similarly adapt

this approach to obtain the Markov chain for the Delete-@odquer scheme witB input symbols. The



corresponding Markov chain shown in Fig. 6, includes stajeto the permutations of input symbols,
e.g., two state$x;, zo+x3} and{xs, x1 +x3} are isomorphic and it is enough to consider a single unique
state for each group of isomorphic states. In this figurekatastates are irreducible by the decoder in
that no symbol can be further recovered, whereas otheisstatebe immediately reduced by the decoder

to the darker ones.. By constructing the state transitiotrimm® as

R
P= Q ,
0 I
we can compute the expected number of steps (transmisgions}the initial state to the absorbing state
{z1, 9, z3}. In the notation, matriXQ represents the transition probabilities between trahsittes R

denotes the probabilities between transient states andbth@rbing state, anblis an identity matrix.

Theorem 2. For the block lengthk = 3, given thatp; is the probability of transmitting an encoded
symbol with degreg, the expected number of transmissions required by the ®aled-Conquer scheme

for successful decoding is:

1 P2 3 8p3 3p1 — 4p2 + 3p1p2 — 3p3 + 3
Mpel = — + + - - ()
p1 3p1+2p2  pr+p2 (p1+2p2)(p2 —3) 3—p2
Proof. In an absorbing Markov chain with a transition matixand thefundamental matrix
N=I+Q+Q*+..=(I-Q),
the expected number of steps (transmissions) from thealirstate to the absorbing one is:
n = woNc, (8)

wherem = (1 0 ... 0) is the initial probability corresponding to the state of yonbols been transmitted,
andc = (1 .. 1)” [18]. From Fig. 6, we obtain matriP as:

0 pr p2 ps O 0 0 0 0 0

00 0 0 pi O 0 ph 0 0

0 0 2 0 0 p3 L Bn 22 0

0 0 0 p3s O P2 0 P1 0 0
p_|0 0 0 00 0 0 0 0 1

0 0 0 0 o0 =8 9 B 22 2

0o 0 0 0 0 0 & g 0o 1-2

00 0 0 0 0 0 1-pf O i

00 0 0 0 0 0 0 1-pp m

00 0 0 0 0 0 0 0 1

where we assume that after each symbol deletion at the endbdeprobabilities are normalized by

dividing by the sum of the remaining degrees. For instanfter ane exclusionp] = pf_’;m andp), £




plﬁfpz would be the probability of degredsand?2 transmissions respectively. This leads to the theorem

statement. ]

The expected number of transmissions for the LT codes has de@ved in [13] as follows:

_ 6p1 18p1 Ip1
nrr=—+ + + . 9
=t o 3 BB =2 —pa) | 20 +12)Bp1 - 20) ®)

If the encoder uses only degréesymbols (i.e.,p; = 1), the expected number of required symbols
for the LT codes isnpr = 5.5, illustrating the effect of the coupon collector’s probtean the other
hand, Delete-and-Conquer scheme requires @y, = 3 encoded symbols, which is the minimum
possible number of forward transmissions. It should be didkgt in this case, Delete-and-Conquer
scheme turns into a no-coding ARQ method. An optimizatiofil8] results in a minimum number of
4.046 forward transmissions (witlh; = 0.524, p, = 0.366, andps = 0.109) for the LT codes, whereas
Delete-and-Conquer coding with these same probabililielsly a total number of.p.; = 3.678 forward
transmissions. In general, we can numerically compareo(f9)tto see that Delete-and-Conquer scheme

can decrease the total number of forward transmissions @ptifold.
Theorem 3. For k& = 3 input symbols, the expected number of feedbacks trandnbigtéhe Delete-and-
Conquer scheme before conclusion (i.e. not including thmitetion signal) is:

3p1 6p1 1
+ + — 2p1. 10
3p1+2p2 3 —p2  p1+Dp2 e (10)

fDel =

Proof. In an absorbing Markov chain, the probability of ever visitistatej; when starting at a transient
statei is the entryh;; of the matrixH = (N — I)Nggl, whereN is the fundamental matrix an 4, is

the diagonal matrix with the same diagonalMsandlI is an identity matrix [18]. In Fig. 6, a feedback
is transmitted when transitions along the dotted-line gcelg. a transition from the stafeto state2.
Accordingly, the probability of such transitions, and herigce expected number of feedbacks transmitted

is given by:
fDet = haa + hishas + hishsr + highss + hiahas;
from which the result follows. O

Based on the Theorem 2 and 3, we can calculate the optimaklpitip valuesp; and p; (and
p3 =1 —pj — p3) that minimize the total number of forward and feedbackgraissions needed by the

Delete-and-Conquer scheme. In other words:

(p1,p5) = argmin [ipe; + fpel] ;
(117171172)



which results in(p}, p5) = (0.644,0.206) (andp3 = 0.150) with a minimum number of total transmissions
4.7247. In this case, we simply considered the sum of forward andifaeek transmissions. In a more
general sense, we can assume that each transmission thheufgiiward channel has a cost@f, while

each feedback transmission has a cost'af Therefore, the optimal probability values can be caladat

as:
(p},p5) = argmin [C17ipe; + Cafpel] -
(p17p2)
Moreover, in comparison with the LT codes, one can notice ithia worthwhile to send feedback if:

_ - _ fDel Cy
Ciiipel + Cofpe < C1ipr = ——— < —
e — Nper ~ Co

wheren p.;, nrr, and fp.; are calculated in (7), (9), and (10).

VI. MAXIMUM -LIKELIHOOD DECODERANALYSIS

In this section, we derive an upper-bound on the failure gbdity of the maximum likelihood (ML)
decoder when used with the Delete-and-Conquer codes. Wnasthat there aré input symbols at
the transmitter, and that encoding symbols are received over a binary erasure chBge€l). The ML
decoding over a BEC is equivalent to recoverinmnformation (input) symbols from received encoding
(output) symbols. Without loss of generality, we assumé #ah symbol is one bit is a row vector
containingk input bits; andy is the vector ofn output bits. MatrixG = [g; ;] iS ann x k adjacency
matrix of the decoder graph, such that an enfry is equal tol if the it" output node has th¢?" input
node as a neighbor. The ML decoder is then equivalent to replai system of linear equations (with

unknownsx and received symbolg) of the form:

GxT =yT. (12)

Encoding symbols with a distance ofor 1 trigger a feedback message that causes the corresponding
symbols to be excluded from future transmissions. Exclydire recovered symbols from subsequent
transmissions is equivalent to setting the subsequentesienof the corresponding columns@hto zero.

For instance, Fig. 7 shows a realization of the maixn which the first feedback message acknowledges
recovery ofz,. Thereafter the second column Gf (i.e., the shaded part) is set to zero.

The ML decoder failure is equivalent to the event that theeeljcy matrixG in (11) is not of full
rank. Letp. be the probability that an input bjt (for an arbitrary;j € {1,2,..k}) is not recoverable
under the ML decoding rule. From [19]:
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De = Pr{Elx €eGF(2F),z;=1: Gx' = OT} < Z Pr{GXT = OT} : (12)
)
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In order to calculate RiGx” = 07}, we separately consider the rows @f between consecutive
feedback messages. We assume thigedback messages are transmitted in total such that afteiving
t1 encoding symbols the first feedback message is transmitfeat, receivingt, encoding symbols the
second feedback is sent, and so forth. At the boundary poislefinety = 0 and¢;, = n. Therefore,
there is no feedback within each interval of [9], (¢1, 2], ..., (tz—1, N], and there is one feedback at
the end of each interval, as shown in Fig. 8. We assume thainatite " interval ¢ = 0, ..., L — 1) the
coding window containg —m; symbols, and thus the encoder uses a fixed degree distrilfatio,,, (d)
defined over the set df — m; unacknowledged symbols.

To calculate an upper bound on the decoder failure prolabitie start with a single row o&G. Let
r to be a row of degred, and assume that the total numberrefsymbols are acknowledged before
transmittingr; in other words;m indices out ofk indices inr are forced to be zero. We define a row

vector f such thatf; = 1 if the I** symbol has been acknowledged, @ndtherwise (i.e., an indicator



function on the index of acknowledged symbols). For a givgout vectorx with ||x||o = w (||-||o IS

the 0-norm), we have the following lemma:

Lemma 2. Given that the row vector has degreel (i.e., ||r||o = d), the probability ofrx” = 0 is:

Zu:072,..,min(2\_%J W) (Z}) (k—dT;@)

) ’

p(X, ||I'||0 = d) =

in which w = w — (x,f) with (x,f) denoting the dot product of two vectors.

Proof. The eventrx” = 0 happens if and only it has an even number dfs in those indices ofj in
which z; is equal tol as well. Assume thaf = {ji, jo, .., jw} IS the set of indices in whick is 1, and

A ={ay,aq9,...,a,} is the set of acknowledged indices. Therefore, we need tosghan even number
u of indices that belong to/ but not to A. The number of these non-overlapping indices is given by
w = w — (x,f). Because the degree ofis d, we then need to chooske- v symbols from the remaining
kE—m—w+ (x,f) indices that belong neither td nor to A. Finally, given that the vectar is generated
randomly (i.e.d neighbors are selected uniformly at random frbm m unacknowledged symbols), the

result follows. O

Using Lemma 2 and the fact thathas degree with probability Qx_,,,(d), we have:

k—m
px) =Y Qo (d)p(x, [[r|lo = d). (13)
d=1

Now, we can extend this result to more than one rowGofn the following manner. Let us denote the
t; —ti+1 rows of G by G;. Rows inG; are generated independently according to the degreebditm

Qk—m,(d). Thus, we have:
PG = 07} = (pi(x))" ", (14)

in which p;(x) is calculated as in (13), and based on the number of ackngetedymbols and the

degree distribution within thé” interval, i.e.,:

k—m;
pi(x) = Y Yo, (d)pi (%, [[r]]0 = d).
d=1

Given that there ard transmit intervals (i.e.. feedback messages), we can calculate the probability of

Gx’ = 07 for a given vector as follows:
L—-1
P{Gx" =07} = [[ PH{Gix" =07} (15)
=0



Assembling these steps together, the ML decoder failurbghidity of the Delete-and-Conquer scheme

is given by the following theorem.

Theorem 4. Given thatL feedbacks are transmitted in total (i.e, one feedback a#eeiving thet;-th
(: =1,..., L) encoding symboal), the ML decoder failure probability ofaeering an input symbgl (for
an arbitrary j € {1,2,..k}) is upper bounded by

k L-1
Pe < min {1, 2_:1 ( Z H Pr{GiXT - OT}) } (16)

X =0
lx[[o=w
SC]‘:].

Proof. From Lemma 2 and its following results, we obtain that foregiinput vectox with Hamming

weightw and L feedback messages, the probability@k” = 07 is calculated as in Eq. (15). Therefore,
summing over all possible input vectaxswith the j** index equal tol, yields the theorem statement.
It should be noted that we assume the value& @ndt;'s (i.e., the total number of feedbacks and their

trigger points) are known. O

From [19], the upper bound on the ML decoder failure proligbivhen there is no feedback is

calculated as:

k S (v k—w n
Pe < min {1, Z <Z: 11> (%: Qk(d)28=0,27_.,2?; (s) (d—s)) } (17)

w=1 d

Fig. 9 numerically compares the upper bound in (16) with tha{17) for £ = 100 input symbols.
The results confirm that collecting more encoding symbatsices the bound on ML failure probability,
as expected. However, Delete-and-Conquer codes Wvigmd 1 feedback messages achieve a tighter
upper-bound on the decoder failure probability.

Asymptotic resultsWe conclude our analysis of the Delete-and-Conquer schgrpedviding upper
bounds on its performance metrics. To this end, we keep thengstion that initially there exist input
symbols at the encoder, and at some point,symbols are acknowledged. The Delete-and-Conquer
distribution is thus given by, _,,(i) (for i = 1,....k — m). Adapting the results of [3] yields that
the average degree of an encoding symbol generated by th@aenis given byD = O(In(k — m)).
Furthermore, an encoder that deletessymbols out ofk symbols, needs to transmét mostk —

m + O (Vk —m In?(£52)) encodings so that the decoder be able to recover all inpubsigwith
probability at leastl — §. Furthermore, computational complexity of the coding psxis given by
(@] ((k: —m)In ’“‘T’”) One can notice that as the number of acknowledged symbels farametern)
increases, performance metrics improves. In the case oéeabhcks (i.esn = 0) Delete-and-conquer

codes reduce to the original LT codes.
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Fig. 9. Upper bound on the maximum likelihood decoder failprobability for the LT and the Delete-and-Conquer codes

VIl. SIMULATION RESULTS

We evaluate the performance of rateless codes with normamifelection distributions against the

Growth codes, Online codes proposed in [16], and recentpgsed LT-AF codes [17].

A. General form

1) Intermediate performancen many applications such as video streaming with real-totasyback
requirements, it is essential to partially recover sometsymbefore the recovery of entire frame. In this
context, although LT codes are capacity-achieving, thek taal-time features; in other words, not many
input symbols are decoded until the decoding process isstlommplete. By incorporating a nonuniform
selection distribution at the encoder, we aim to enhancenteemediate symbol recovery rate. Fig. 10
compares the performance of our codes with the LT-AF codé#aaible Node with Maximum Degree
(LT-AF+VMD) [17], where the authors show that LT-AF codesicgurpass previous rateless codes with
feedback including SLT codes. One key point, however, i tie LT-AF decoder is not able to recover
any symbol until at leask encoding symbols are received. As the results show, oumsehmmsed on
the Quantized distance method can achieve a high interteedd@overy rate. Moreover, the coding
performance can be adjusted by tuning the parameféredback transmission interval).

2) Coding overheadNext we compare the total number of forward and feedbaclsinégsions needed
by our codes in comparison with the LT-AF+VMD codes. As theutes in Table | show, our codes have a

slightly better performance in terms of number of forwahsmissions. However, LT-AF codes require
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Fig. 10. Intermediate performance of codes with nonunifesgmbol selection against the LT-AF codds= 512).

k=512 k=1024
Algorithm
Forward Feedback Forward Feedback
LT-AF + VMD 556.0 9.0 1084.0 11.8
All-Distance 550.4 54.4 1084.8 107.8
Quantized distance 555.2 55.0 1112.6 111.0

TABLE |

NUMBER OF TRANSMISSIONS NEEDED BY THHE.T-AF CODES AND OUR CODES WITHs = 10

less feedback transmissions. It should be noted that anafuieiedback in our codes can be adjusted
using the parametes, and that our codes are aimed to achieve a high intermedjatbdd recovery
rate, as the results in Fig. 10 show. Table Il shows the padoce of our codes with the block length

k = 512 symbols and as the feedback interyahcreases. Similar to the previous results, the encoder is

able to control the number of forward and feedback trandarissby changing the parameter

B. Primitive form

1) Intermediate performanceTlo investigate the progressive performance of the Delete@onquer
codes, we run simulations with the block length jof= 512. Results shown in Fig. 11, demonstrate
that Growth codes can provide higher symbol recovery ratbeabeginning, while Delete-and-Conquer
achieves better performance when a small fraction of sysnéw@ unrecovered (near the “knee”). On the

other hand, Delete-and-Conquer scheme achieves bettermance compared with the Online codes,



All-Distance Quantized distance
Feedback interval

Forward Feedback Forward Feedback

s=5 536.6 106.9 544.8 108.4
s=10 550.4 54.4 555.2 55.0
s =50 657.6 12.8 684.8 13.6
s =100 758.6 7.0 759.4 7.2
s = 500 1155.7 2.0 1172.6 2.0
TABLE 1l
NUMBER OF TRANSMISSIONS NEEDED BY OUR CODES AS THE INTERVAL OFEEDBACK TRANSMISSION INCREASES
(k = 512)
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Fig. 11. Intermediate performance of the Delete-and-Cengodes compared with other rateless codes 612)

noting that Delete-and-Conquer codes improve the intetla@@erformance with a lightweight utilization
of the back channel (i.e., one bit feedback for each of a sfradtion of received symbols).

2) Computational complexityComputational costs at the encoder and decoder are malialgdeto
the average degree of input symbols. Fig. 12 shows the awategree of input symbols for different
codes compared to the Delete-and-Conquer codes. As thiksrehaow, Delete-and-Conquer codes have
a smaller average degree on input symbols, and hence theryless computational complexity. Smaller

average degree is due to incrementally dropping input sysrfibem the coding window.
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VIIl. CONCLUSION

In this paper, we have developed feedback-based rateldss woth a nonuniform selection distribution.
Our encoders estimate the decoder state using feedbackmtion, and dynamically adjust the selection
distribution so that more helpful symbols (in terms of ddongdprogress) are assigned with a higher
probability to be included in future encodings. As a reswi, improve the intermediate performance
of the underlying rateless codes and make them more suitabkepplications with real-time decoding
requirements. Our codes further support two importantufest our decoder has full control of thate
andtiming of feedback transmission. Our simulation results, backedralysis, confirm that distance-
type feedback paired with a nonuniform selection distidoutachieves a high intermediate recovery rate.
On the whole, rateless codes with nonuniform selectiorridigtons help the encoder to optimize for

the performance requirements dictated by the application.
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