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Abstract—In this paper, we look to address the problem the view point of compressive sensing (CS) and work directly
of estimating the dynamic direction of arrival (DOA) of a ith the received signals.
narrowband signal impinging on a sensor array from the far  cg theory tells us that when certain conditions are met it

field. The initial estimate is made using a Bayesian comprese . ible t . Is f f t
sensing (BCS) framework and then tracked using a Bayesian IS poSsibie 1o recover Some signais from fewer measurements

compressed sensing Kalman filter (BCSKF). The BCS framework than used by traditional methods [€]] [7]. This can be ajblie
splits the angular region into N potential DOAs and enforces to solve the problem of DOA estimationl[8],][9], [10]. First
a belief that only a few of the DOAs will have a non-zero gplit the angular region of interest inty potential DOAS,
valued signal present. A BCSKF can then be used to track the where signals actually impinge on the array from odly
change in the DOA using the same framework. There can be . .

an issue when the DOA approaches the endfire of the array. In (L << N) of t_he.5e dll’eCtICfn-S. The problem can then .be
this angular region current methods can struggle to accuratly formulated as finding the minimum number of DOAs with
estimate and track changes in the DOAs. To tackle this probl@, a signal present that still gives an acceptable approximati
we propose changing the traditional sparse belief associed with  of the array output. Those directions that have the non-zero
BCS tlo a belief thkat the eStimatEd signal:;will mdatCh tge preztt‘fld valued signals are then used as the DOA estimates. It is also
signals given a known DOA change. This is done modellin . . . -

th?e diffe?ence between the expectged sparse receiveg sigsmaindg possible to CF)nvert this problem into a p.rObab'“St'C form
the estimated sparse received signals as a Gaussian disution. and solve using a relevance vector machine (RVM) based
Example test scenarios are provided and comparisons made thi approach[[11],[[12],[T13]. It has been shown in the case of
the traditional BCS based estimation method. They show that static DOA estimation that methods based on this approach
an improvement in estimation accuracy is possible without a offer encouraging results [14].

S|g|n|f|cant Increase mn cor_nquanonal complexny. . Less work has been done on the problem of estimating
ndex Terms—DOA estimation, Bayesian compressed sensing, ) ) : ) !
Kalman filter, dynamic DOA, DOA tracking a dynamic DOA. One option is to use particle filters or
probability hypothesis density (PHD) filters. These filteese

been used in the areas of DOA estimation and tracking of
sources|[15],[116],[[17],[118].

Direction of arrival (DOA) estimation is the process of Alternatively, in [19] the authors track a dynamic DOA with
determining which direction a signal impinging on an arrag Kalman filter (KF) and narrow the angular region being
has arrived from[[1]. Commonly used methods of solving thisonsidered to focus in more closely on the DOA estimate from
problem are: MUSICI[2],[I8] and ESPRIT]I[4].][5]. Howeverthe previous iteration. However, this removes the advantdg
these methods have two drawbacks: Firstly, we need sobming able to directly work with the measured array signals
knowledge of the number of signals that are present. Segondind introduces an additional stage of having to reevalinete t
evaluation of the covariance matrix is required, thus iasieg steering vector of the array at each iteration of the KF.
the computational complexity required to solve the problem Bayesian Kalman filters (BKF) have been used to track
This covariance matrix is estimated form the signals rexkivdynamic sparse signals [20], where the predicted mean of
by each sensor at different time snapshots. Instead, if W signals at each iteration is taken as the estimate from
consider the fact that only a few of the potential DOAs wilthe previous iteration and the hyper-parameters (pregisice
have a signal present then we can consider the problem frestimated using BCS, hence the term Bayesian compressed

I. INTRODUCTION
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sensing Kalman Filter (BCSKF). There are still some issues | dy=(M-1)Ad
with this method when applied to the problem of DOA ‘

estimation of a dynamic far field source using uniform linear § d,=Ad

arrays (ULAs). Namely when the DOA approaches the endfire -~ ;

region (i.e. the signal arrives parallel/close to paraitethe /ﬁe /ﬁ 9 /ﬁ 0
array), the estimation accuracy can degrade. This meabs tha ...~ ... . N )

it is possible to initially have an accurate estimate andhthe
not track the changes in DOA properly.

In this paper, to solve this problem, we propose modifying
the BCSKF to include information about what the received
array signals would be expected to be at a given time snapshot
This is done by changing the distribution used to model the re
ceived signals. Now instead of assuming a zero-mean Gaussia Yk
hierarchial prior we assume that the mean is instead centred
at the value that is expected given the previous snapshq\fi%
estimate and the expected change in DOA. As a result we
derive a new posterior distribution and marginal likelidoo
function that can be used to solve the DOA estimation problegamely the sensor locations and the delay required for akign
by following a similar framework as used for the RVM.ig reach a given sensor.

We term this framework the modified RVM, which is used The output of the array,,, at time snapshot is then given
to find an initial estimate of the DOA at the first snapshqyy,

1. Linear Array structure being considered, congistifi M sensors
a uniform adjacent sensor separation/od.

and then at each subsequent snapshot to optimise the noise Y, = AX + Ny, )
variance estimate as well as the hyperparameters requjred b . _
the BCSKE. wherexy, = [zg1, Tk 2, ..., 7k, n]. € CVX1 gives the received

The remainder of this paper is structured in the following'9nals, N = SRS VIS o ther?Vn@r
manner: Sectioflll gives details of the proposed estimatifiqise andA = [a((2,61),a((2, 0,), ..., a(,0n)] € C 1S
method. This includes the array model being uged{I1-A), tfge matrix containing the steering vectors for each angle of
modified RVM framework for BCS[{II-B) and the BCSKF Nterest.

(-C). In Section[Tll an evaluation of the effectivenesstbé B, Bayesian Compressed Sensing for DOA Estimation
proposed method is presented and conclusions are drawn "Birst split the angular range that is being monitored into

Sectiorl V. N potential DOAs. Each direction can then be considered

Il. PROPOSEDDESIGNMETHODS as having a signal present. However, oily<< N of the
A. Array Model received signals are non-zero valued, with the directidns o
thesel signals giving the actual DOAs.
Now we split [2) into real and imaginary components in the
lowing way

A narrowband array structure consisting bf sensors is
shown in Fig.[l. The sensors are assumed to be omnidir?q
tional with identical responses. A plane-wave signal modeci
is assumed, i.e. the signal impinges upon the array from the Vi
far field at an angle) as shown. In this work we assume[ (y,)
that 0° < # < 180°. The distance from the first sensor to[ (Ve) ]

A
N g s [ Z(A)  R(A) T(X) Z(ng)
subsequent sensors is denoteddgsfor m = 1,2,..., M, . . .
with d; = 0, i.e. the distance from the first sensor to itsehwhereR(') andZ(-) give the real and imaginary components

Note, these values are multiples of a uniform adjacent sen r%specuvely. the, the dn‘ference_ betvy _nandy, is that~y,?
. as been split into its real and imaginary componentg,in
separation ofAd.

. L As a result the dimensions @f, are larger than foy,, but
The steering vector of the array is given by . oE
we are now only considering real valued data. Similar is true
a(Q,0) = [1,e Irasteost p=iunSteosO)T (1) when comparindd andA, andx;, andx; andn; and .
: . . . The aim is to now find a solution fox, that gives the
where() = wTj is the normalised frequency withi being the .. . - b g
. . p 7 Mminimum [y norm, i.e. the minimum number of non-zero
sampling periody,, = 2= form = 1,2,..., M, and{-} . _ . .
el . . valued signals. This is done by evaluating the following
denotes the transpose operation. Note, the steering vettor
an array gives contains information about the array geometr Xk opt = max P (Xp, 02, p|y, Xe), (4)

+ ®3)

e
R T )[R ] TR0



where o is the variance of the Gaussian noise p = Note, the maximum of (10) is the posterior mean
[p1, P2, ..., p2n] 7] contains the hyperparameters that are to be Similarly to [1Z], the probabilityP (o2, p|y,,) can be repre-
estimated and. holds the expected values »f. sented in the following form:

To do this first obtain the following from {2): 5 5
g front12) Pl plfy) ~ PELIp. %) PP (19)

1 -
T N N—M . G 112

P (Y%, 0%) = (2m07) eXp{ ~ 53V — AX’C”?}' (3)  and the second two terms on the right[ofl(13) become constant

Now exert a belief about the values Bf that are expected With uniform scale priors, then maximising (o, p|y,,) is

by enforcing roughly equivalent to maximisin@®(y,.|p, o2, X.). This can
N be achieved by a type 2 maximisation of its logarithm, which
P(ilpxe) = (2m) NIP[V? (6) s given byl
1
X expq — = (X — Xe)P(Xp — xe) T f, 1
= } Lp.o?) = logq (2mo?) MEPEPexp (-3 (14)
where|P| indicates the determinant &, whereP = diag(p).
It is also necessary to define the hyperparameters pver e T 9T &

and 2. There are various possibilities for the structuring of X (Vi BYg +Xc CXe — 207Y AEPXe))
the priors onp, which represent mixing parameters in a scale 1 )
mixture of normals representation of the marginal distitu = -3 (QM log(2m) +2M log o” — log || —
of x;, which will here be in the Student-t family, see elg./[21]. log |P| + o 2||y,, — Ap||2 + uTPp

One possibility would be to treat the complex components
of x5 as complex Student-t distributed, as detailedlinl [22],
[23]. Here though we treat the real and imaginary compone%ﬁereB _

of x; as independent Student-t distributed random variables,l_0 do this [T is differentiated with respectig ando—2
and hence have independent Gamma priors for the mixipoqObtain the update expressi

+XZPX€ - szu)v

(02l +AP~'A")"1 andC = P — PSP,

s
variablesp,, over all real and imaginary components»gf. )
2N Pn = ,LL% + 'rén — Tenfin ) (15)
P(p) = [[ GpnlB1, B2). 7
n=1 wherey,, = 1 — p,2pn, Snn is thent” diagonal element of
A Gamma prior can also be used fof ¥ and IO
0,2 _ ||yk B Aiu’||2 ) (16)
P(0?) = G(o~?|Bs, Ba), (8) "W OM — > v

whereps, 2, B3 and3, are scale and shape priors. Note, whenhe maximisation is then achieved by iteratively maximgsin
Xe = [0,0,...,0]7 then [6) reverts to the traditional hierarchialf7) and [I2) and{15) an@ {116) until a convergence criterion

prior used in BCS[[11]. is met [11], [12]. Note that wherx. = [0,0,...,0]T the
We know that update expressions match that of the traditional RVM. The
P(f(k’UQ’ BIF,, %) = P()N(Hyk’UQ’ p,xe)P(p,02|§/k) ©) final estimate of ;he received signjls is then given by

and@ Xk, opt = (’;—A + Popt) B (AC\TTyk + Poptxe) (17)

Pppotix,) = O PR g

P(Y,]p, 02, Xe) whereo?,, and P, = diag([popt,1, Popt,2; - Popt,2n]”) are
(27_‘_)7N|2|71/2 the result of optimising the noise estimate and hyperpatensie
1 respectively.
eXp{ - 5(f(;c —w)Ts (%, — u)}, The final estimated signals are then given by

X

. L x = + jz . 18
where the covariance matrix is given by Fooptin = Lhyopt;n T ) Tk,opt,N+n (18)

Thresholding can then be applied to keep themost sig-
nificant signals as in[[14]. To do this find the total energy
and the mean given by content of the estimated received signals and then sort.them
A threshold valuey, is then defined as a percentage of the

Y= (0 2ATA+P), (11)

_oxT_
p=3X("A" Y, +Px). (12)
2See Appendix B
1See Appendix A 3See Appendix C



. . . . TABLE |
energy content that is to be retained. Starting with the most .- orvANCE SUMMARY FOR THE ENDFIRE REGION EXAMPLE

significant estimated signal, the estimated signals arersen

until the threshold is reached and the remaining signals set Mean RMSE | Mean Computation
.. . Method (degrees) Time (seconds)

tq be equal to 0. The remaining non-zero valued signals then RVM 11.03 035

give the DOA estimates anfl as an estimate of the number Modified RVM 0.98 0.55

of far field signals impinging on the array.
C. Bayesian Compressed Sensing Kalman Filter sparse then subsequent estimates are likely to not be sparse
In order to track the changes in the DOA estimates Ak a result, care should be taken when choosing the initial
each time snapshot the BCS based DOA estimation procedpagameter values and determining the likely DOA change.
detailed above is combined with a BKF, giving a BCSKF for
DOA estimation. Here, the signal model described above is I1l. PERFORMANCE EVALUATION
again used along with the prediction
In this section a comparison in performance of the tradi-
N tional RVM and the proposed modified RVM will be made.
Viepe—1 = ARgjk—1 Ver =Y% —Yi—1 (19) Three example scenarios will be considered. One where the
initial DOA starts outside of the endfire region and then nsove
into it, one where the DOA remains out of the endfire region
Xi = Xpjp—1 + Ki¥e . B = (1 - KkA)Ek‘k,l and finally one where the initial DOAs and signal values are
K, — Ekw,lAT(aQI n AEk‘k,lAT)_l (20) .randomly generated. All of the examples are are implemented
in Matlab on a computer with an Intel Xeon CPU E3-1271
of the BKF. Herek|k — 1 indicates prediction at time instance(3.60GHz) and 16GB of RAM.
k given the previous measurements aha is determined by ~ The performance of each method will be measured using
the expected DOA change. For example, if we sample tftge root mean square erroR{/SFE) in DOA estimate. This
angular range every® and the the DOA increases Ry then s given by
then Ax will be selected to increase the index of the non-
zero valued entries iX;_,—; by two to give the index of
the non-zero valued entries Ky, ;—;. In this work we have
assumed that there will be a constant change in the DOA.

At each time snapshot it is necessary to estimate tal%eree is the actual DOAJ is the estimated DOA and

noise variance and hyperparameters in order to evaluate i@?he number of Monte Carlo simulations carried out, with

prediction and update steps of the BCSKF. This is done l@/: 100 being used in each case
considering the log likelihood function given by The array structure being considered is a 20 sensor ULA
L(p,,0%) = 1 (2M log(27) + 2M log o® — (21) with an adjacent sensor separation%oiWe assume the actual
2 e S noise variance is given by? = 0.4 and an initial estimate of
log || —log [P| + o7 7[|Y, . — Anllz the noise variance of2,,, = 0.1 used when initialising the

+u"Pp +)~(f|k71p)~(k‘k_l - y(f'kflp“)v RVM and proposed modified RVM.

Xiho1 = XKp_1jk—1 + AX  Zppq = Zpog + Py

and update steps

(22)

which can be optimised by following the procedure described , .
. . . .. A. Endfire Region
in Sectior I[-B. Here we have used the Kalman filter predictio
Xik—1 as the expected estimate values For this example the initial DOA of the signal 5= 20°,

It is worth noting that the continued accuracy of the prowhich then decreases iy at each time snapshot. The signal
posed BCSKF relies on the accuracy of the initial estimat@lue at each snapshot is set to be 1. Table | summarises the
and the parameter values selected. If the initial estimgterformance of the two methods for this example. Here we can
(made using the framework described in Secfion]ll-B arske that there is in an improved accuracy in the DOA estimates
X. = [0,0,...,0]T) of the received signals is accurate ands the mea)M SE has decreased for the proposed modified
sparse, then the priors that are enforced will ensure tHRM method. This is also supported by the over@l/ SE
continues to be the case. However, an inaccurate initial DQAlues as illustrated in Fif] 2. It is also worth noting thae t
estimate or poorly matched expected DOA change can lemean computation times show that this improvement has not
to the introduction of inaccuracies in subsequent estisnatbeen at the expense of a significant increase in computétiona
Similarly, if the initial estimate of the received signatsnot complexity.
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Mean RMSE | Mean Computation
»r 7 Method (degrees) Time (seconds)
o0l | RVM 10.98 0.34
Modified RVM 3.52 0.43

RMSE (degrees)

9 10 11 12 I
Time Snapshot

I T
3 14 17 18 19 20

15 16

Fig. 2. RMSE values for the endfire region example.

PERFORMANCE SUMMARY FOR THE NONENDFIRE REGION EXAMPLE

TABLE Il

B. Non-Endfire Region

TABLE Il

PERFORMANCE SUMMARY FOR THE RANDOM INITIALDOA EXAMPLE.

20 T

—RVM
18H — — — Modified RVM

RMSE (degrees)

N Y E I
11 12 13 14 15 16 17 18 19 20

Mean RMSE | Mean Computation 9 10
Method (degrees) Time (seconds) Time Snapshot
RVM 5.59 0.33 ) -
Modified RYM 0.36 0.41 Fig. 4. RMSE values for the random initial DOA example.

obtained an improved accuracy without a significant in@eas

In this instance the initial DOA i$ = 100° with the DOA N computational complexity.

increasing byl° at each time snapshot, with the signal value
remaining constant at -1. The performance of the two methods
is summarised in Tablelll, with th® M SE values illustrated  This paper proposes a BCSKF to estimate the DOA of
in Fig. [3. Again this illustrates the improved performanca single signal impinging on a ULA from the far field. A
offered by the modified RVM has not been at the expensew posterior distribution and marginal likelihood has ee
of a significant increase in computation time. found and unlike traditional BCS the expected values of
the estimates are accounted for. This is done to combat the
C. Random Initial DOA problem of inaccurate DOA estimates when the actual DOA

Finally, we consider the case where the initial DOA igPproaches the endfire region of the angular range. Then a
randomly chosen from the entire angular range and increasé@ilar optimisation framework to what is used in the RVM
by 1° at each time snapshot. The signal value is randonify @applied to find the optimal hyperparameters and noise
selected ast1 for each simulation and remains constant agfiance estimate, which are then used to estimate theveetei
the DOA changes. As for the previous two examples Tabf@fray signals. Example test scenarios have shown the @dpos

MDand Fig.[2 indicate that the proposed modified RVM hagodified RVM is more accurate in not only the endfire region,
but also in the entire angular region as a whole. This is also

without a significant increase in computational complexity

IV. CONCLUSIONS

12 T

—RVM
— — — Modified RVM

APPENDIX

A. Derivation of Posterior Distribution

From Bayes’ rule we know that

RMSE (degrees)

P(*k'i’k’anQaXE)P(yk|p7027XE) = (23)

,P(ka?kv UQ)P(XHpa Xe),

whereP (¥, |Xx, 0%) and P (Xx|p, X.) are known from[(b) and
(@), respectively.

Now following the method suggested in [12] carry out the
multiplication on the right hand side, collect termsp in

I P it el R
7 8 9 10 11 12 13 14 15 16 17 18 19 20
Time Snapshot

RM SE values for the non-endfire region example.



the exponential and complete the square. This gives the marginal likelihood as

1 o725, — A% (7 — A%o) + 4  POMP.o’x) = (o) V[P (30)
2 1 7 -
()N(k —X )TP(Xk X )] X exp{ - Q[yszk + XZCXE -
1 20°y AZPx.]},

T 9T . o =T _
——[o‘zyiyk—a VAR, — 0 KA Y, +

—22~T~T~~ o . where B and C are defined as in Sectidn_1IB. The log
o X A ARk + X PXj, — X PXe — X PXj, likelihood is then given by
+xI'Px,
P Lp,o?) = log{(2mo®) M|z |}|P)} (31)

1 ~ Twe—1/0 Tws—1
= G -T2 % —p) - T+ 1
) |:( k u) ( k ,U/) 12 n x exp{ _ E[ygByk “+ XZ(:)N(8 —

20297 ASPx,] }}

1
= —Mlog(2n) — Mlogo? + B log|X| +

oLy, +XIPx]

whereX andp are given by[(I1) and_(12), respectively. This
then gives the posterior distribution &s](10), with the rigvimg

exponential terms %log P| — %[yfsyk + X! CX, —
I _ 207y} AZPX,].
-3 [a iV, +xIPx —pTE | (25) 4 ]
Using the Woodbury matrix inversion identity we have

B. Derivation of Marginal Likelihood B—o2 — o*QA(P+ a*QATA)*lATa*Q (32)

From [23) we know that which means we have

(Yk|)~(ka Uz)vp(y(k“‘jvxe)

Poiepatx) 2O VB = VeoT -gilo - oA %3
kM )y Ne

x (P+o2ATA)IA 6 2)y,

~ ™ - o~ ~T 5
= Vio %Y, —Vio *ASA 0%,

- P
P(Vilp, 0% %) =

meaning the term in the exponential will e }(25) where

WI'sly = (02A'y, +Px,)TETs! 27) = o (Y, — Ap) + o 2y ASPX,
x B0 A"y + Px) = o §F — Al + uTPu + o 2y ASPx.
= (0%A"y +Px)T (0 ?ZA"y, + 3Px) Also, we know thatP” = P asP is a real valued diagonal
- g*4yzA§3ATyk + U*Qy}:,&gpxe + matrix. This means
o 2XIPTA" Y, +xTPTSPX,. xI'cx, = xT[P—PSPlx, (34)

xI'Px, — x! PEZPx,

Therefore the exponential term is given by _
= xI'Px, —x'Pu + 0%y, AZPX.,

2
o 2yTASPx, — U_QXZPTATyk _ C. Derivation of Update Expressions for Modified RVM

1] o p. aT T
——lo 229, + X PX. — o 'Y ASA ¥, — (28) which then gives the log likelihood function iA{14).

Firstly, differentiating with respect tp; gives

1

xI'PT$Px, 1
— = [Enn — p— + ,Lti + Ig,n — Te,nMn (35)

2
1 pr _ e A
—3 [y;f 07> =0 *AZA )y, +x/[P—P"SPIx.  and equating to zero gives

1
. _ Son — — +p2 + 22, —Teppn = 0 (36
~o 2YASPX, — 0 XITPTA"Y, o T Hn T Ten = Tenpt (36)

1- pnznn - pn,u?z - pn«fcan + PnZentn
The term outside of the exponential is given by Y = Dultis, + x?n — Tenftn] = 0
(2m0%) "M (2m) N |P|M/>

i = 2ro?) ™ M|Zz|P|2. (29
EIESI (2mo®) "M |Z]2|P| (29)

which leads to[(T5).



Now collect the terms withr in to give [7]

1 o
~5 {2M logo? —log |Z| + o 2|y, — A,u||§} (37) 18l
and then define = o=2 giving -

2Mlog 7! —log S| + 7y, — Aull}] (38)

1
2
1 ~ ~

—5 |~ 20107~ log =]+ 7lI5,. — Aulid].

(11]
Now differentiate [(3B) with respect to and equate to zero to

: [12]
give .
T~ ~
——+Ur(ZA A V. —Apl|? = 39
— )+ 1¥e = Aplls =0, (39) 113
where t(-) indicates the trace. As(EA’ A) can be written
as7 3" v, we now have [14]
THEM =) ) =119 — Al (40)
n [15]

which in turn gives[(16).
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