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Abstract

We deal with the problem of streaming multiple video stredtsveen pairs of nodes
in a multi-hop wireless ad hoc network. The nodes are stlatiow their locations, and
are synchronized (via GPS). We introduce a new interferencdel that uses variable
interference radiuses. We present an algorithm for comgu@ifrequency assignment and
a schedule whose goal is to maximize throughput over all itheovstreams. In addition,
we developed a localized flow-control mechanism to stabifie queue lengths.

We simulated traffic scheduled by the algorithm using OMNE/MixiM (i.e., phys-
ical SINR interference model with 802.119) to test whetler computed throughput is
achieved. The results of the simulation show that the coetpsblution issINR-feasible
and achieves predictable stable throughputs.

1 Introduction

We address the problem of routing real-time video streanssaitic ad hoc wireless networks.
Our goal is to develop and implement an efficient algorithrd st it in a realistic physical
model. Many works have been published on the topic of mup-touting in wireless net-
works including real-time video streaming (see [SYIB, KPS 06, Sha05, vDS05]). In these
works it is acknowledged that cross layer algorithms areired to utilize the capacity of the
network. These papers evaluate specific algorithms andigosrusing approximate models
for wireless network, and thus the question of developitegrated realistic solutions remains
open. In particular, a solution must address a combinati@pecifications including: maxi-
mize throughput, fairness, minimize delay, stability aftiighput, stability of queue lengths in
intermediate nodes, bounded number of lost packets, aaicpability.

One of the main issues in wireless networks is how to modetf@tences. In the commu-
nication community, one uses the signal-to-interfergolos-noise ratio (SINR) to determine
if a received signal is decoded without an error [Gal68]. @& other hand, the algorithms
community has used the graph model (or protocol model) toahfedsible communication
patterns|[[JPPQO05, ABL0O5]. For the graph model, multi-hogtiry algorithms with a con-
stant approximation ratio have been developed [KMPS05, ZBIBSTZ07[ Wan(9]. In fact,
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Wan [WanQ9] even presents a (theoretical) PTAS for the prablOn the other hand, to date
approximation algorithms for throughput maximizatione tSINR model do not have a con-
stant approximation ratio. For example, iin [CKI#8], the approximation ratio is logarithmic
in the ratio between the longest link and the shortest liok (hiform transmission powers),
and in [EMM11] the approximation ratio is logarithmic in thember of nodes (for the linear
power model).

The study of wireless algorithms in the SINR model has beetivated by its realistic
appeal. In fact, it has been argued that the performanceaphdrased algorithms is inferior to
algorithms in the SINR model [GOWO7]. In [MWWO06, MWZD6] a lagthmic ratio between
the throughput in the SINR model and the throughput in thelgnaodel is presented. A
closer look at studies that compare the interference madelsalgorithms for these models
shows only a constant gap if the ratios of the max-to-min pamel max-to-min distance are
constant. In[[GKOD] the same asymptotic throughput is oleighin both models with respect to
random instances. In_[MWWO06], the example only gives a amtsatio if the the power ratio
and the distance ratio are constant. In [CKO8], an example with a constant gap is presented
for constant uniform power. In [BR03], the theorems do ndtagt the ability to increase the
interference radius or to apply collision avoidance methagked in the 802.11 MAC.

The questions we study in this paper are as follows.

(i) How much of the traffic computed by a graph model basedimgualgorithm can be
routed in realistic scenarios with constant max-to-min @m@aand constant max-to-min
distances? Namely, does the approximate nature of the gnaple! lead to useful solu-
tions?

(i) How to integrate a graph-model based routing-algonitin a system that supports real-
time video streaming? Such a system must combine goals sudhimess, predictable
throughput, few lost packets, bounded intermediate queeasonable and steady end-
to-end delay.

Previous Work. The necessity of cross layer designs has been recognizedtfstying the
special characteristics of real-time video streaming ovieeless networkd [Sha0b, SYR5,
KPST06]. We continue this line of work.

The multi-hop routing problem for ad hoc networks was inggged thoroughly. One of
the commonly used heuristics for routing is based on findatggwith maximum bottlenecks,
namely, paths for which the edge with the lowest capacityagimum [DPZ04]. We used this
algorithm in our benchmarks (we call iH®RTP). A different approach for the routing problem
is based on solving a linear program. In_[KMP$S05, JPRQO5, @3} Lrouting algorithms in
the graph model are designed, analyzed, and simulated. @wback in [KMPS05, JPPQD5,
ABLOS5] is that the simulations were run also in the graph niade not in the physical model.
Wan [WanQ9] pointed out various errors in previous algonshand presented a new linear
program that corrects the problem. He proved that: (i) these23-approximation algorithm
based on the linear program, and (ii) there is a polynomiz scheme (PTAS) for the problem.
However, this PTAS is not practical. Namely, the PTAS regmisolving a linear program that
might not be solved by LP-solvers even for moderate sizedorés.

Chafekar et al.[CKM08,/Cha09] considered routing algorithms in the SINR modlbke
approximation ratio of their algorithm with uniform powessagnments is logarithmic in the



ratio between the longest link and the shortest link. Themmunication model does not
includeAck packets. Hence, interference is caused only by the senderairby the receiver.
In [Cha09], simulations are described in the physical moola these simulations do not use
the 802.11 MAC (i.e., n®TS, CTS, ACK packets are used).

Three scenarios are simulated(in [Cha09]: random netwaoidk, &nd a realistic road-traffic
network. The path loss exponent in the simulations is= 6, which is considered rather
high and fit for indoor environments (but not open air envinemts). In the grid scenario, the
nodes are locatetl) meters apart (both horizontally and vertically), and thenownication
range also equalf) meters. Thus, communication is possible only between stassghbors.
Interference caused by a node that is located a diagonal wayl0v/2 meters away) i
times smaller, and interference caused by a ritsidmeters away i$4 times smaller. Thus,
interferences in this setting fade very quickly, justifyia small gap between tte@NR model
and the graph based protocol model. Another aspect in thdaion of [Cha09] is that routing
is limited to single paths (i.e., no splitting). It is not atdf this is an implementation issue or
a result of the simulated instances.

Special Characteristics of Real-time Video Streaming. Streaming of real-time video in a
multi-hop ad hoc network is a challenging task with uniquarelsteristics.

(1) End-to-end delay in streaming of real-time video shdagddas small as possible. We as-
sume that a delay of-2 seconds is tolerable if the video has to travel acrassops.
One implication of this constraint is that end-to-end askieolgments and TCP are not an
option.

(2) Unless erasure codes are employed, loosing even a sawlbh of the packets incurs an
intolerable degradation in the video quality. We assumetligeo has acceptable quality
if less that0.5% of the packets are dropped. In wireless networks, each lnkhave a
PER of 1%-5%. Thus, afterl0 hops, one is left with intolerable erasures. On the other
hand, erasure codes incur an extra end-to-end delay sieg@éed to accumulate data for
a block before encoding can take place. This means thabgebn WiFi acknowledgments
and retransmit capabilities can be useful to avoid paclaiglif thePERis small.

(3) A useful feature in video coding is the ability to adjusetcompressed bit-rate. This
means that the video encoder can be continuously contrlg@énerate a video stream
of a requested bit rate. We rely on this feature in our flow e@ralgorithm. This feature
separates video streaming from other applications suciiBs F

Our Contributions.

1. We do not modify the 802.11g MAC. This approach has two athges. First, we do
not bypass the wireless NIC and its collision avoidanceufest Hence, even if the
algorithm suggests a schedule with interferences, thésdenences are resolved by the
MAC. Second, the network can support limited additionaffizahat is not routed or
scheduled by the algorithm (i.e. messages for controllmgrtetwork). We choose the
802.11g because of its popularity in laptops and mobileabsyi



2. Simulation in the physical model. The simulation is inanstard 802.11g setting using
OMNET++/MixiM (see Sec[_6]1). In this setting, all WiFi fraaw are transmitted (i.e.,
RTS,CTS, packet, ACK), and interferences between franeearalyzed using the SINR-
model, and taking into account the Modulation Coding ScleMmes).

3. We introduce new interference constraints that conistdan intermediate model between
the physicalsINR-model and the graph based protocol model (see[S€c. 3.1)infdre
ference set of a link is a function of the signal-to-noiseoraif the link and themcs
of the link. As the signal-to-noise ratio (without interégices) of a link is closer to the
SINR-threshold, the interference set grows, so #$1aR is not in the “waterfall” region
of the PER functionfl One advantage of this new interference model is that it ig &as
formulate interference constraints in the linear progranmiulation (see Se€.1B in the
Appendix).

4. We formulate the problem of minimizing end-to-end delaguirred by a schedule that
supports a given multi-flow. We developed and implementedheeduling algorithm
that addresses this problem of reducing end-to-end delé&yle wupporting a similar
throughput (see Séc 4.3). In [KMPS05, ABL05, BSTZ07] theetffof the schedule on
the delay is not mentioned.

5. We developed and implemented a flow control algorithmgtediilizes the queue lengths
and controls the data-rate along the links. This flow coralgbrithm is executed locally
by the nodes.

6. We evaluated the performance of the proposed algorithhmrespect to video streaming.
In particular, we measured the throughput, end-to-end/dietection of dropped packets,
gueue lengths, and the stability of these parameters.

Techniques. Following [KMPS05, ABLO5, BSTZ07, CKM08,[EMM11], we formulate an
LP, and apply greedy coloring to obtain a schedule. Interglst the greedy coloring incurs
high end-to-end-delays, so we developed a path-peelireglsiér that trades delay for through-
put. Stability is maintained by a flow control algorithm tmaonitors flow through incoming
and outgoing links, and continuously balances the two. iifathod utilizes the ability of video
encoders to adjust the compressed bit-rate.

2 Problem Definition

Setting. We consider a WiFi 802.11g static ad hoc network Bition-interfering radio chan-
nels with the assumptions: (i) Single radio: each node hasgéeswireless network interface
controller (WNIC). (ii) Each node is equipped with a GPS satibknows its location and the
nodes are synchronized. (iii) The WNICs support quick syoeized hops between frequency
channels. (iv) Isotropic antennas. (v) We also assume lieahddes have already joined the
network and that there is at least one node (i.e., centennbdeholds full information about

1The packet-error-rate€R) is a function of the SINR. This function increases very ghgén the neighbor-
hood of the critical threshold. This phenomenon is referred to as the “waterfall” regiothefPER function.



the network (i.e., nodes and locations). Accumulating ithisrmation can be done in a dis-
tributed low-bandwidth fashion after building a spannireget[Awe87].

Problem Definition. The input to the algorithm consists of:
1. A setV of n nodes in the plane. A transceiver is located in each node.

2. A set ofk video stream reques{s;}*_,. Each stream request is a triple2 (a;, b;, ),
whereq; is the source (e.g., camera) of the streams the destination, and; is the
required data-rate.

Ideally, we would like to satisfy all the requests, nameady,dach video stream), route packets
using multi-hops fronu; to b,. We assume that there is a path in the network between each
source-destination pair (otherwise, the request is rejict

Let d; denote the data-rate achieved for thie stream. The service rati@ of the ith
demand is defined by, = d;/d}. Our goal is to maximize the minimum service ratio, namely,
max min; p;.

Additional performance measures are: (i) End-to-end delaig is the time it takes a packet
to reach its destination. We are interested in reducing tiw@mum delay (among the packets
that are delivered) since the video is real-time. In addijtile maximum delay determines
the size of the jitter buffer in the receiving side. (ii) Nuerbof dropped packets. Queue
management may drop packets. A dropped packet never redslEstination. (iii) Queue
lengths in intermediate nodes tell us how much memory shioeldllocated and also give an
indication of the delay per hop.

3 Preliminaries

3.1 Interference Models

Bidirectional interference. The delivery of a message in the WiFi MAC requires transmis-
sion of frames by both sides (e.g., RTS and packet are tréieshby the sender, CTS and ACK
are transmitted by the receiver). Hence, interferencedeamused also by frames transmitted
by a the receiving side.

The SINR model. The SINR model, also called the physical interference modeefines
successful communication as follows. L&t, denote the distance between nodeandv.
Suppose a subsst C V' of the nodes are transmitting simultaneously in the sanmgiéecy
channel as. The signal-to-interference-plus-noise ratio (SINR)tfa reception by € V'\ S,
of the signal transmitted by € S; in the presence of the transmitteisis defined by

p/d;,
N+ ZxESt\{u} P/d%,v '
Each transmitter can use one of several modulation codimgnses 1Ccs). The message trans-

mitted by in anMmcs m is successfully received hyif SINR(u, v, S;) > 5., Wwheres,, is the
minimum SINR-threshold for theics m.
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Protocol model. The protocol model, also called the graph model, is spedifjetivo radii:
(i) A communication distance. (i) An interference distanc&. The rule for successful com-
munication between two nodesandv is thatv receives the message framf d,, < r and
every other node that transmits at the same time satisties > R. In this model, a commu-
nication graph is defined over the nodes. Two nodes are libijexh edge if their distance is
less than the communication distance

Since the WiFi MAC requires transmission by both sidesngerferenceas defined between
two links (u, v) and(v’, v") if min{d, v, dy, dvw, dvw} < R. We say that a subsétof links
is non-interferingf no two links in L interfere. In the protocol model,sthedules a sequence
{L;}; of subsets of non-interfering links.

Our new model. The new model is an intermediate model between the SINR menatkl
the protocol model. The idea is that, as #eR of a link grows, the link can tolerate more
interference. Hence, the interference distance is not fixed

Consider a paifu, v) of nodes and amcs m. The triple(u,v, m) is alink in the new
model if SINR(u, v, 0) > B,

Since both sides of a link transmit and receive, the interfee set of a link must take
into account interferences caused by other transmissiotiisib the receiver and the sender.
However, the frames sent by the receiving side areiars 0, therefore, reception of these
frames depends on tleNR-thresholds,.

The interference sét, , ,,, of the linke = (u, v, m) is defined by

Vo = {z € V\ {u} [SINR(w, v, {z}) < it - B, OF
SINR(v, u, {z}) < - Bo}.

The motivation for this definition is that transmissions eides inV,, , ,, interfere with the
reception ofv by u, or vice versa. The choice af= 1.585 gives us a margin dfdB above the
SINR-threshold. This margin keeps tlseNR above the threshold due to interferences caused
by transmitters not it%, , ..

We also define the interfering set of edges with respect ttirike: = (u, v, m).

Lywm 2l = (W, v,m) | {u,v'}N (Vioom U Vo um) # 0}
\ {(u,v,m)}.

The interference set, , ,,, contains a linke’ if either endpoint o’ interferes with reception at
the endpoints or v.

Notation. Letu andv denote nodes and denote amcs. Alinkis atriple(u, v, m) such that
SINR(u, v, () > B,,. This definition implies that there can be multiple paralieks between
u andv, each with a differentacs. We denote the set of links b. The setFq,(v) (resp.
Ein(v)) denotes the set of links that emanate from (resp. entelet £/(v) denote the set of
links Ein(v) U Eou(v). For alinke = (u, v, m), letMcS(e) = m, i.e., themcs m of the linke.



4  Algorithm MF-I1-S

4.1 Networks Governed by Time-Slotted Frequency Tables

Two tables govern the communication in the network. The fabte A is a time-slotted fre-
quency table. The dimensions dfare F' x T', where F' denotes the number of frequency
channels and’ denotes the number of time slots. There is one row for eacuémrcy channel
and one column for each time slot. (In our implementation wedd” = 3 and7T = 200).
The tableA determines a periodic schedule. The second table is a flavititablemf. The
dimensions oinf are|E| x k (recall thatk equals the number of video streams). The entry
mf(e, s) specifies the number of packets-per-period that should ldeedsd along linke for
streams.

Each table entnAlj, ¢] is a subset of links, i.eA[j,t] C E. The table governs commu-
nication in the sense that, in slof the links in A[j,# (mod T')| try to deliver packets using
frequency channel.

We useA], t] to denote the set of links,;crA[j,t]. Since we assume that each node is
equipped with a single radio, it follows that two links thatse an endpoint cannot be active
in the same time slot. Hence, for every nadé”(v) N A[-, t] may contain at most one link.

A time-slotted frequency tables schedules active linksisied in Algorithm TX-RX in
Appendix[A. Each node executes Algorithm TX-RXv) locally. SinceE(v) N Al-, t] may
contain at most one link, a nodss either a receiver, a sender, or inactive in each time slot.

4.2 Algorithm Specification

The input to the routing algorithm is specified in Skec. 2. Thégat consists of two parts:
(i) a time-slotted frequency tablé, and (ii) a multi-flowmf(e, s), for every linke and stream
1 < s < k. We note that the units of flow are packets-per-period. Theg@equalsl - o,
whereo is the duration of a time slot, arild equals the number of time-slots in a period.

The multi-flowmf(e, s) determines the routing and the throughout of each streamnrdib
of the frequency/time-slot tablé and the multi-flow tables is to specify a periodic schedule
that determines which links are active in which time sloee(Sed._411).

Although we use fixed length packets (e.g., 2KB), t@s of a link determines the amount
of time required for completing the delivery of a packet. Smeans, that within one time
slot, multiple packets may be delivered along a single lib&t ppge) denote the number of
packets-per-slot that can be delivered alengNamely, node: can transmit at mogtpge)
packets to node along linke = (u, v, m) in one time-slot. Note that the value ppge) is a
function of themcs of the linke.

We say that tablel supportshe flowmf if the following properties hold:

1. Every entryA[j,t] in the table is a set of non-interfering links. Thus, the ik A[j, t]
may be active simultaneously.

2. The data-ratesf(e, s) are supported by the table. Namely,

> mf(e,s) < [{A[j, 1] : e € A[j, 1]} - ppde) . 1)



4.3 Algorithm Description

Algorithm MF-I-S consists of two parts: (i) computation ofnaulti-commodity flow with
conflict constraints, and (ii) scheduling of the multi-cowulity flow in a time-slotted frequency
table. We elaborate on each of these parts.

Multi-commodity flow with conflict constraints. We formulate the problem of routing and
scheduling the video streams by a linear program (LP). AlamiiP is used in[[KMPSQ5,
ABLO5| BSTZ0O7] with respect to the graph model. We use our meerference model for the
interference constraints.

The variableg? (e) of the LP signify the amount of flow along linkin frequency channel
for streami. The full LP appears in AppendiX B. Lgt (¢) 2 Y% | f7(e), namely,f/(e) is the
flow in frequencyj along linke. Letc(e) 2 T - ppge) denote the number of packets-per-period
that can be delivered along the link

We elaborate on two main features of the LP:

1. The conflict constraints. The ratji(e¢)/c(e) equals the fraction of the time that the
link e is active in transmission in frequengy Since each node is equipped with a single
WNIC, transmissions emanating or entering the same nodaotaccur simultaneously
(in any frequency). In addition, the links i may not transmit in frequencywhenever
e is transmitting in frequency. Thus, the conflict constraint is formulated as follows.
For every linke = (u,v,m) € E, and for each frequencye [1..3]:

DY f; IDIEEL

J'#j e’€ E(u)UE(v) e'€le

IA

2. Max-Min throughput. For each requested stregmve define the supply ratip; to be
the ratio between the flow allocated to thi stream and the demanti of the stream.
The objective of the LP is to maximizain; p;. A secondary objective is to maximize
the total throughput.

Scheduling of the multi-commodity flow in a time-slotted frequency table. Inthe schedul-
ing step we are given the multi-commodity flowlé(e). The task is to allocate entries in a
time-slotted frequency tablé that supports these flows.

We first determine how many time-slots should be allocatedf¢e), for each linke and
each frequency channgl Similarly to Eq[1,

{t € [1.T] e € A[jt]}| - ppge) > f(e)

Hence,

{t € [L.T):e € A[j,t]}| > H;;ee))w )



The greedy scheduler. The simplest way to assign flows to the tableis by applying a
greedy algorithm (similar to greedy coloring). The greetfyodthm scans the links and fre-
qguency channels, one by one, and assijasj) slots to each link and frequency channgl
Based on[[ABLO5, KMPS(04, BSTZ07], the interference constsain Eq.[12 imply that the
greedy algorithm succeeds in this assignment provided that

wea-|29].

The issue of dealing with this rounding problem (i.e., thiéedence between the round-down
and the round-up in Egsl 2 ahd 3) is discussed in [Wan09], evités pointed out that routing
all the flow requires a super exponential periodSuch a period is obviously not practical; the
computation of the table takes too long, the table is too konlge broadcast to all nodes, and
the schedule will incur huge delays.

We show that the rounding problem is not an important issué bweoretically and in
practice. Since each floy can be decomposed into at m@&t flow paths, it follows that the
values of{ f/ ()} jer Can be “rounded” so that at mgdt| - max.{ppge)} packets are lost
per period. Note that this lost flow can be made negligiblertwyaasing the period. AsT
increases, the amount of flow per period tends to infinity,fzmte, the lost flow is negligible.
In our experiments 611, we used a period/of= 200 time slots, with a duration dfms per
slot. The greedy scheduler was able to schedule almosteafldtv in all the instances we
considered. The multi-flow table is set so thaft e, s) equals the amount of flow fronfi(e)
that the scheduler successfully assigned.

The greedy scheduler incurred a delay roughly of one perawchpp. The reason is that
it schedules all the receptions to a node before the trassmsfrom the node. To avoid this
delay, we designed a new scheduler, described below.

The path-peeling scheduler. The path peeling scheduler tries to reduce the time that-an in
coming packet waits till it is forwarded to the next node. disiachieved as follows.

1. Decomposes each floyy into flow paths such that the flow along each path equals the
bottleneck, i.e., the minimumpge) along the path. Lef f;(p)},cpi) denote this de-
composition.

2. While not all the flow is scheduled,

(@) Fori =1tok do:
(b) If P(i) # 0, then schedule a pathe P(i) and remove from P(i).

The scheduling of a flow path € P(i) tries to schedule the links in one after the other
(cyclically) to reduce the time a packet needs to wait in eaotie alongy. The scheduling
simply scans the links ip in the order along, and finds the first feasible time slot (in cyclic
order) for each linke € p.

We point out that in Liné 2a, we schedule one path from eadastrto maintain fairness
in allocation and delays. On the average, each stream stftean the same “fragmentation”
problems in the tablel.

In our experiments, the path-peeling scheduler succeedsdhieduling 70% of the flow.
The advantage, compare to the greedy scheduler, is thgfsdmia significantly reduced.
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5 Flow Control

The multi-flow table computed by the algorithm determinesrtbmber of packetsf(e, s) that
should be sent along each limkfor streams during each period. Each nodemonitors the
following information for each linke € Eqy(v).

1. P(e,s,t) - the number of packets belonging to streasent along the link during the
periodt.

2. P*(e, s,t) -the maximum number of packets belonging to stredhat can be sent along
the link e during the period. Note thatP* (e, s,t) > P(e, s, t); inequality may happen
if the queuel)(e, s) is empty when a packet is scheduled to be transmitted al@nignth
e. Note that ife is not planned to deliver packets of streapthenP* (e, s, t) = 0.

We remark that a node can also monitoiP(e, s, t) for a link e € Eip(v). However, the value
Pt(e,s,t) foralinke € Ei,(v) must be sent to (e.g., by appending it to one of the delivered
packets).

The Flow-Control algorithm is executed locally by all thedes in the network. Let =
(u,v, m) denote a link fromu to v, and lets denote a stream. Each node executes a separate
instance per stream. In the end of each petj@hch node “forwards” the value ofP* (e, s, t)
to nodev. In addition, in the end of each periodnodev sends “backwards” the value(e, s)
tou. The valueR(e, s) specifies the number of packets from strestimatv is willing to receive
along the linke in the next period + 1.

Algorithm 1 Flow-Controlv, s) - a local algorithm for managing the local queue and reqdeste
incoming rate at node for streams.

1. Initialize: for alle € Ein(v), R(e, s) < mf(e, s).

2. Fort =1tooco do
(a) MeasureP(e, s, t) for everye € E(v), andP* (e, s, t) for everye € Eqyu(v).
(b) ReceiveP* (e, s,t) for everye € Ein(v), andR(e, s) for everye € Eou(v).

(€) Rin < min{}_ o) Bl s),
ZeEEout(U) P+<€7 S, t>7 ZeEEin(v) P+<€7 S, t>7 }

(d) Foreverye € Ein(v): R(e,s) < Ry, - Pt (e,s,t)

Ze’EEin(v)P+(e’,s,t) )

(e) Drop oldest packets frof(v, s), if needed, so thdt)(v, s)| < R,.

The Flow-Control algorithm is listed as Algorithm 1. It edjaas the incoming and outgo-
ing packet-rates in intermediate nodes as follows. Theestga packet-ratg(e, s) is initial-
ized to be the valumf(e, s) derived from the table. The Flow-Control algorithm is aatad in
the end of each period. It uses the valuigs, s, t) and P* (e, s, t) for every linke incident to
v. Some of these values are computed locally and some senelmetghbors. The incoming
packet-rateR;,, is computed in liné_2c, and is divided among the incomingdink line[2d.
Excess packets in the que@€v, s) are dropped so that the number of packet®in, s) is at
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mostR;,. The rational is that, in the next period, at még}, packets will be delivered, and
hence, excess packets might as well be dropped.

We now elaborate on the boundary cases of the flow-contral$ource:, and a destination
b, of streams. The destinatiorh, simply sends a fixed request for each incoming knk
Ein(by), i.e., R(e, s) + mf(e, s). The source:,, does not execute line 2d; instead, it sets the
packet-rate of the video encodery,.

6 Experimental Results

6.1 General Setting

WiFi parameters. In the benchmarks that use the scheduler, each node hade&2gl1g
WNIC. In the benchmarks that do not use the scheduler, eat Imas three 802.11g WNICs.
The reason is that, in absence of the scheduler, a node doésiow to which frequency
channel to tune in each moment.

Each WNICs transmits in one of three non-overlapping fregies. All WNICs transmit
at a fixed power 00mw). The path loss exponent is = 4.1. The noise figure ISV =
—100dBm. The maximum communication is roughl§0m (in Mmcs 0). An interferenc50m
away can cause a decrease in ger of roughly 1dB. We used fixed size packets with a
payload o2 K B. Thus, a video stream withlaVibps generates4 packets per second.

Software tools. We used Coin-OR CLP to solve the linear programs. We impléetkethe
scheduler in C++. The simulation was implemented using OMINEMIxiM. Therefore, the
simulation is done in the physical model taking into accquath loss, multiple interferences,
partial interference between frames, and all the detailkeo802.11g protocol.

Algorithm parameters. We usedl” = 200 time slots in the time-slotted frequency table.
Each time slot has a duration @iins.

Implementation details. The following simplifications we made in the implementati¢h) Vir-

tual flow control messages are used. They are sent withoay dethe end of each period. We
justify this simplification since flow control messages ageywsparse. (2) Packets of only one
stream are sent along each link in each time slot. This sfitgtion only reduces the through-
put of the implementation.

6.2 Scenarios

We ran the experiments on two main types of arrangementsaidbdes in the plane: a circle
and a grid.

1. Inthe grid arrangement, we positiongdnodes in alkm x 1km square. The nodes are
positioned in & x 7 lattice, so that the horizontal and vertical distance betwadjacent
nodes isl000/7 = 142 meters (see Fil 2). The source and destination of the s¢regc|am
the grid arrangement are chosen randomly.
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2. In the circle arrangement, we positiorizdnodes on a circle of radiug)0 meters. The
nodes were positioned eve3y0/24 degrees. The source and destination of the streams
in the circle arrangement are chosen deterministicallyodevis: a; = [24/k], b; =
(a; + |24/k]) mod 24, a;1 = b;, wherek denotes the number of streams.

We point out that random locations & nodes in a square kilometer induces a communi-
cation graph with a high degree and a diamet& af3 [MDS10]. In addition, the interference
set of each link contains almost all the other links. Henlis, getting has a low capacity and is
not an interesting setting for the problem we study.

The requests demarnt] is set tolOMbps. Such a demand with> 6 streams is above the
capacity of the network. This enables us to study the peidoga in a congested setting.

6.3 Benchmarks

We ran the experiments using six algorithms.

1. MF-I-S. Inthe MF-I-S benchmark all three parts of our aithon are used: computation
of a multicommodity flow with interference constraints, fpegh-peeling scheduler, and
the Flow-Control algorithm.

2. HORTP-S. A shortest path maximum bottleneck routing algorithith e path-peeling
scheduler. Leppge) denote the number of packets-per-slot in th&s used by the link
e. Lethopgp) denote the number of hops along a path

We define a (lexicographic) order over paths framto b, as follows: p < ¢ if (1)
min.e, ppge) > min.e, ppge) or (2) min.e, ppge) = min.c, PPge) andhops(p) <
hopgq). Formally, in S1ORTP-S, the streamis routed along a paththat is minimal in
the lexicographic order.

In SHORTP-S, the paths are computed in an oblivious manner, nanwigestion does
not play a role. This means that we must execute a flow conlfgolighm to adjust the
data-rate.

Each stream in thet®RTP-S benchmark is assigned a random frequency channel.

3. The remaining algorithms are MF (only multi-commodityflaithout interference con-
straints without a scheduler), MF-I (only multicommoditgwl with interference con-
straints without a scheduler), MF-S (multi-commodity flovittvaut interference con-
straints with a scheduler), HORTP (shortest paths but without a scheduler). A detailed
description appears in Appendix C.1. We point out that whienthe scheduler is not
invoked, each node must ha8é/VNICS. The reason is that a node does not know the
frequencies of incoming packets.

We made the following change in the WiFi WNICs when there islgeduler. The noise
threshold for allowing a transmission of an RTS frame is ceduto match the interference
distance. The reduced threshold relaxes the conservatilisian avoidance to allow for si-
multaneous transmissions by links approved by the schedule

12



k MF-1-S’s SHORTP-S's Ratio
min Throughput | min Throughput
Mbps Mbps
8 0.576 0.45 1.28
12 0.448 0.325 1.3785
16 0.368 0.22 1.6727

Table 1. Comparison of steady state min-throughput betvidEr-S and $1ORTP-S in the
grid scenario. The number of requests is denoted.by
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Figure 1: Comparison of MF-1-S with the greedy scheduler tedpath-peeling scheduler in
the grid arrangement with = 12 andd; = 10Mbps. The experiment’s duration2$ seconds.

6.4 Results

Comparison between MF-I-S and $IORTP-S. We focus on two properties: min-throughput
(i.e., the lowest throughput over all the streams) and tldeterend delay.

Table[1 lists the effect of the number of requésts the minimum throughputs of MF-1-S
and $1O0RTP-S in the grid scenario. MF-1-S outperforma&RTP-S by28-67%.

Comparison with Greedy Scheduler. In Figure[l we compare MF-1-S with the greedy
scheduler and the path-peeling scheduler. The path pestingduler significantly reduces
the end-to-end delay while slightly reducing the throughgpte that the min-throughput is
bigger with the path peeling scheduler (i.e., stream #8)clgfairness is improved.

Benchmark Comparison. In Tables? andl3 we summarize the measured performance of the
benchmarks for the grid and circle scenarios Witk 12 requests and a demadfi= 10Mbps
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for each stream. The experiment’s duratiofiseconds. Notice that the MF-I-S, MF-S, and
SHORTP-S benchmarks use only one WNIC per node, while the otheshimearks use three
WNICs per node.

We begin by discussing the grid scenario:

(1) It is evident that the dropped packets rate is exceeginiglh when the scheduler is not
used. The reason is that the flow control algorithm fails &dbsize the queue length, as
one would expect.

(2) The minimum throughput obtained by MF-I1-S is the highest

(3) The sum of the throughputs obtained by MF-I-S$386 higher than that of SORTP, and
140% higher than that of SORTP-S.

(4) MF-I-S uses longer paths to avoid congestion and intenfee.

(5) The scheduled benchmarks (i.e., MF-I-SIdRTP-S and MF-S) have a very small drop
rate.

(6) All benchmarks have reasonalsler.

The circle scenario is highly symmetric (i.24, nodes and 2 streams) so we can suggest an
optimal solution. This solution is a table with two slots slot 1, the “odd” links are scheduled.
In slot2, the “even” links are scheduled. We need only two frequende that links separated
by a link use different frequencies. In this solution, thevflllong each link is half its capacity.

Since the capacity of a link in this scenario8i2 Mbps , it follows that the flow along a
link is 4.1 Mbps. Since streams are routed along disjoint paths, tloeigfmput per stream is
also4.1 Mbps.

In the circle scenario we obtained the following results:

(1) The minimum throughput obtained by MF-I-S (sl9 that of SHORTP, and0.5 that of
SHORTP-S.

(2) The sum of the throughputs obtained bydRTP is only75% more than that of MF-I-S.
(3) Drop rate are small also foH®RTP.

In light of the fact that MF-I-S uses a single WNIC per nodés itlear that it outperforms
all other algorithms. Most importantly, the end-to-endageh MF-I-S is much shorter.

Routing results. The routing result foikc = 12 streams is depicted for the grid scenario in
Fig.[2
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#radios throughput Delay delay based on hops hops | drops | PER
pernode| min sum max max max min avr max avr
Mbps | Mbps | Mbps sec #hops | sec || #hops| sec % %
MF-I1-S 1 0.512 | 12.08 | 4.544 2.25 14 2.25 1 0.2 7.17 0.7 1.85
SHORTP 3 0.064 8.9 1.568 24 9 23 1 1.35 45 24 1.09
SHORTP-S 1 0.402 | 5.02 | 0.4342| 15 9 1.32 1 0.95 45 0 0.15
MF-I 3 0.064 4.32 1.2 3.9 14 2.6 1 1.2 7.17 95 5.54
MF 3 0 3.14 | 0.704 4.9 12 24 1 1.3 6.67 78 6.63
MF-S 1 0.1548 | 4.26 0.8 19 12 15 1 3.7 6.67 0.5 0.87

Table 2: Comparison of the benchmarks for the grid scenaitio iv= 12 requests and; =
10Mbps for each stream. The experiment’s duratio2biseconds.

#radios throughput Delay delay based on hops hops | drops | PER

per node| min sum max max max min avr max avr
Mbps | Mbps | Mbps | sec #hops | sec || #hops | sec % %
MF-1-S 1 2.37 32.1 2.97 1.23 2 1.23 2 0.68 2 0 0
SHORTP 3 4.82 56.2 4.88 25 2 25 2 1 2 34 0
SHORTP-S 1 1.98 30.4 2.78 5.35 2 4.1 2 0.35 2 0 0
MF-1 3 1.35 184 1.75 1.5 2 1.5 2 1 2 36 3

MF 3 1.3 17.7 1.7 1.7 2 1.7 2 1 2 14 2.48
MF-S 1 0.85 | 1542 | 1.75 2.64 2 2.64 2 4 2 0.65 0

Table 3: Comparison of the benchmarks for the circle scenaith £ = 12 requests and
d; = 10Mbps for each stream. The experiment’s duratio2biseconds.
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P — | 1 1
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e i

é, --12--19--26--33 40 47
> Lo

132027 - 34 - 41 - 48

14— 21 —28-~35-~'42- -9

500 1000
X [meter]

(a) Grid scenario layout

Figure 2: The grid scenario witd nodes, and: = 12 requests. Flow paths, computed by
MF-I-S, are depicted. An example of the splitting of flow camdeen for the request from
node49 to nodel3. This request is split in to two paths along the perimetehefrectangle
(13,48, 14, 49).

Note that a request may be split among multiple paths.
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SHORTP’s SHORTP-S’s
drops percentage drops percentage

max 46 0
min 0 0
average 11.66 0

Table 4. Comparison of the drop percentage betweearRSP and $1ORTP-S in the grid
scenario. The drop percentage is the ratio between the nuofilskopped packets and the
number of the transmitted packets. The simulations ésed 2 streams and a uniform demand
of d; = 10 Mbps.
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Figure 3: (a) Comparison of total throughput between onetlree radios, for SORTP in the
grid scenario withk = 12 andd; = 10Mbps. (b) Throughput comparison betweandRTP-S
and MF-1-S. Streams in each benchmark are sorted by theugmput for the grid arrange-
ment withk = 16. The experiment’s duration isseconds.

Comparison between $IORTP and SHORTP-S. Table[4 depicts the effect of applying
the path-peeling scheduler on the greedy algorithmo®&SrP, that is we compare algorithm
SHORTP and $1O0RTP-S in the grid scenario. Recall thaHSRTP-S has a single radio in
every node. The number of requeats 12. The demand for every stream requesbisibps.

It can be seen that®RTP-S has no drops, hence our algorithm MF-I-S is compared to
SHORTP-S.

Effect of number of streams. Table[1 depicts the effect of the number of requésts the
minimum throughputs of MF-1-S andH®RTP-S in the grid scenario. The number of requests
kis8,12,16. The demand for every stream requestisvibps.

Clearly, the min-throughput decreases as the number okestgjuncreases, as the same
resources need to serve more requests. The advantage of3/iB+naintained for this range
of requests.

Effect of single radio on SHORTP. Since $10RTP uses3 WNICs per node, we experi-
mented also with a single WNIC per node. Figurke 3a depicteffieet of single radio on total
throughput of SIORTP. The ratio is almost constant and equilas expected.

The experiment was made in the grid arrangement, where Theenof requests is = 12.
The demand for every stream requestisvbps.
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Fairness. Figure[3b compares the sorted throughputs achieved fortteanss in MF-1-S
and SHORTP-S. The experiment was made in the grid arrangement,ith16 streams and
d; = 10 Mbps.

It can be seen that every request achieves less throughutaRrTP-S than in MF-I-S.
Note that $IORTP-S balances the throughput among its requests.

The Flow-Control algorithm.  Figurel4 depicts the effects of the Flow-Control algorithm i
the grid arrangement with = 12 andd = 10Mbps. In Fig[4a, the requested ratRé, s)
are depicted. It can be seen that only slight perturbati@esroover time. This justifies our
simplified implementation that uses virtual flow-controlssages.

In Fig.[4B, the queue lengths of the stream in three diffenedes are depicted. The oscil-
lation is due to the periodic schedule. The queue lengthngralbed and stabilizes.

In Fig.[4¢, the drop ratio is depicted for the worst streame @hop rate ranges frofto
1%.

In Fig.[4d, the differences between the maximum and minimiuoughput for MF-1-S
and SHORTP-S are depicted for all streams two seconds after the biegiohthe experiment.
It is evident that MF-1-S and i 5O0RTP-S are stable since the differences are smaller.

7 Conclusions

The algorithm consists of two parts: a multi-commodity floamputation and a scheduler.
Our simulations demonstrate the robustness of the schedwéamely, the flowanf that are
supported by the time-slotted frequency tablleare successfully routed in tr@NR-model.
Thus, in our simulations the modified graph model results sitiR-feasible schedules.

The role of the multi-commodity flow computation with interénce constraints is to max-
imize the minimum throughput. Indeed, in the grid scenawoting along shortest paths re-
sulted with smaller throughputs.

The flow control algorithm succeeds in stabilizing the gueungths for all benchmarks that
used the scheduler. Without the scheduler, stability wa®btained, and many packets were
dropped.

Our results show that one can compute a routing and schegdhk succeeds in tr@NR-
model while using a simpler interference model. In additie successfully combined the
various goals required to support video streaming.

8 Discussion

We propose a centralized algorithm for computing a routiegeduling, and frequency assign-
ment for real-time video streams in static ad-hoc wirelegs/arks. The algorithm consists of
two parts: a linear program and a scheduler. In additior) @ade locally runs a flow-control
algorithm to control the queues and stabilize data-rategatbe links. Although the algorithm
is centralized, it can be executed by multiple nodes in theork provided that they hold full
information of the network (i.e., locations, requests)e Dutput of the algorithm consists two
tables that can be easily broadcast to all the nodes.
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Figure 4: Influence of the Flow-Control algorithm in the gadangement witlk = 12 and

di = 10Mbps. The experiment’s duration 2 seconds: (a) Change in the requested packet
rate by the flow-control over time in MF-1-S, (b) Queue lergyti a stream in three different
nodes in MF-I-S, (c) Ratio of dropped packets to transmipi@ckets over time in worst stream

in MF-I-S, (d) Comparison of stability of throughput betweld F-1-S and $1ORTP-S.
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We implemented the algorithm and experimented using angettiat uses the physical
model (with a 802.11g MAC) to verify the validity of the algithim. Our experiments show
that the traffic routed and scheduled by the algorithm isesgftlly delivered in two congested
scenarios in theINR-model.

We propose a scheduling algorithm, called the path peetthgduler, that is designed to
reduce the end-to-end delay incurred by the greedy scheditilee path peeling scheduler
succeeded in reducing the delay in streams with many hopm Eva congested scenario, the
path peeling scheduler successfully scheduled at T@&6of the flow.
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A TX-RX Algorithm

A listing of the TX-RX algorithm appears as AlgoritHm 2. Welebrate below how a queue
Q(v, s) with the highest priority for transmission along linkn line[2 in the Transmit procedure
is defined.

Upon invocation of Transm(¢, j), wheree = (v, u, m), the nodev needs to decide which
packet to transmit. The nodeuses the multi-flow tablenf to determine the sef, of streams
that are routed along Since delay is a major issue, it is reasonable to use an BEepolicy
(Earliest Due Date), i.e., pick the oldest packet in the gsé€l(v, s), for s € S.. However,
such a policy ignores the remaining number of hops a pacletai® traverse. We prefer the
approach that emphasizes fairness. That is, assign atptivat equals the ratio of the number
of packets of stream transmitted along in the last period divided by the required number.
The lower this ratio, the higher priority of the stream. Tapproach also combines well with
the flow control algorithm described in Séc. 5.

Algorithm 2 TX-RX(v) - a local transmit-receive algorithm for nodes specified by a time-
slotted frequency tabld.

For time slott’ = 0 to co do

1.t =1t (modT).
2. if Ein(v) N Al-, t] # 0 then{reception modg

(@) Lete € Ein(v) N Al t], wheree(u,v,m) € Alj, t].
(b) While slott is not over call Receive, j).

3. if Eou(v) N A[, t] # () then{transmission mode

() Lete € Eou(v) N Al t], wheree(v, u, m) € A[j,t].
(b) While slott is not over call Transmit, j).

Receivée, j) - where linke = (u, v, m) andj is a frequency channel.
1. Set tuner to reception in frequency channel
2. Upon reception of a packgtfrom streams, insertp to Q(v, s).
Transmite, j)- where linke = (v, u, m) andj is a frequency channel.
1. Set tuner to transmission in frequency channel
2. Pick a queu€)(v, s) with a highest priority for transmission alorg
3. p+ DEQUEUE(Q(v,s)).

4. Transmitp alonge.

22



k
max p+A-» di-p;  subjectto (4)

i=1

fe)>0 Vi€ [1.k],Vj € [1.3],Ve € E
(5)
3 .
>_Fle) = file) Ve € E
(6)
k . .
PFHORSHO Vee E
: @)
Y file)= D file)=0 Vi e [1.k],Yv € V\ {a;, b;}
e€ Eout(v) e€Ein(v)
(8)
k
Zfi(e> < c(e) Ve € F
©)
Z filai) — Z filai) = d; - pi Vi € [1..k]
e€ Eout(v) e€Ein(v)
(10)
p < p; Vi € [1..k]
(11)

fj(e) fj’(ef) fj(el) - |
c(e) +%aw§m<v> c(e’) " e; c(e’) =1 Ve = (u,v,m) € E,Vj € [1..3]

(12)

B The Linear Programming Formulation

The main variables of the LP are the flow variabfé¢e) which signify the amount of flow
along linke in frequency channel for stream:. In Eq.[5 we require that the flows are nonneg-
ative. In EqL6 we defing;(e) to be the combined flow alongfor stream: over all frequency
channels. In Eq.]7 we definé(e) to be the combined flow alongin frequency channel over
all k£ streams. Ed.I8 is simply a flow conservation constraint fiaashi in every intermediate
node. Eq.DP is simply a capacity constraint for every linkEfi10, the supply ratip; is defined
to be the fraction of the demand for strearat is supplied. In Eq. 11 is defined to equal
the minimum supply ratio, i.eg = min; p;. Finally, in EqQ[12 the interference constraints are
defined; we elaborate on them below.

The objective is to maximize the minimum supply ratio As a secondary objective, we
maximize the sum of flows. Therefore, the constamt the objective function is small (e.g.,
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A =1/20).

We point out that the capacity constraints in Eq. 9 are rednnsince they are implied by
the interference constraints in £qJ] 12.

In our experiments, we noticed that the LP-solver found atswi with flow cycles. We
removed these cycles before applying the scheduling st&grelstingly, the issue of flow cycles
was not mentioned in previous works [ABL05, BSTZ07]

C Experimental Results

C.1 Benchmarks

We ran the experiments using six algorithms:

1. SHORTP- a shortest path maximum bottleneck routing algorithm.pp=e) denote the
number of packets-per-slot in tives used by the link. Lethopgp) denote the number
of hops along a path. In SHORTP, the stream is routed along a path from a, to b,
such that, for every patpl from a, to b,, the following holds:

min ppge) > min ppge) , and
ecp ecp’
min ppge) = min pps(e)
ecp ecp’
=hopgp) < hopgp’).

The paths assigned to tlestreams are divided evenly among the three frequency chan-
nels.

Each node in this benchmark contains three radios. This snibah each node contains
three standard 802.11g WNICs, each working in differerqudency channel. Since the
frequency channels are non-overlapping, one WNIC may vecghile another WNIC
is transmitting. Each WNIC receives and transmits packateraing to the WiFi MAC.
Fairness between the streams is obtained as follows. EacdCWéNyjiven FIFO-queue
for each stream, the packets of which it needs to transmith dNIC uses a simple
round-robin policy for determining the queue from which tiext packet is transmitted.

The paths are computed in an oblivious manner, namely, cbiogedoes not play a role.
This means that we must execute a flow control algorithm tasadhe data-rate. To
execute the Flow-Control algorithm without any changestrwally cast this routing to
our setting as follows. We define the multi-flawf(e, s) to equald? if e is in the path
assigned to stream and0 otherwise. The time-slotted frequency tablehas a single
time slot (i.e.,7 = 1) whose duration is one second. Namely, the tablbas three
entries, one for each frequency channel. The table entdydquency channel lists the
links that use frequency channgel

2. MF-I-S. Inthe MF-1-S benchmark all three parts of our aition are used: computation
of a multicommodity flow with interference constraints, fpegh-peeling scheduler, and
the Flow-Control algorithm,
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We emphasize that in this benchmark, each node containgke sadio; namely, each
node has a single standard 802.11g WNIC capable of hoppitvgeba the three fre-
guency channels in the beginning of each time slot.

. SHORTP-S- same ast®RTP except that every node contains a single radio. In addlition
the path-peeling scheduler is applied, hefice: 200, and a random frequency channel
is assigned to every request.

. MF-S - same as MF-I-S except that the LP does not includgference constraints.
The scheduler resolves interferences, so it is interestirsge how much throughput is
scheduled by the scheduler, and whether this throughpatited in the simulation.

We point out that the interference constraints constitudege part of the LP constraints.
By omitting them, the LP becomes shorter, easier to solveknaturally, the LP solution
has a higher throughput.

Since the LP lacks interference constraints, the scheduwgrfail to schedule the flow.
We modified the scheduler in this case so that it augmentsatile A by adding time-
slots. This augmentation has an adverse effect of redubimyghput and increasing
delay.

. MF-I - same as MF-I-S but without the scheduler. Instelael multi-flows are assigned
in a single-slot schedule, as in AlgorithniSRTP. We point out that in this benchmark,
each node is equipped with three WNICs as in Algorithro8TP.

The motivation for this benchmark is that the multi-flow taketo account congestion
and interference. Since the WiFi MAC deals with avoidindisa@ns, so it is interesting
to see how it succeeds in scheduling the multi-flows in aibisted manner.

As in SHORTP, each node has three WNICS in this benchmark.
. MF - similar SHORTP except that the streams are routed according to a multivoaity
flow. The multi-commaodity flow is computed by an LP withoutarference constraints.

This benchmark helps understand whether non-obliviougestion aware routing im-
proves performance.

As in SHORTP, each node has three WNICS in this benchmark.
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