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ldentifying Cover Songs Using
Information-Theoretic Measures of Similarity

Peter FosterStudent Member, IEEESimon Dixon, and Anssi Klapuri

Abstract—This paper investigates methods for quantifying sim- classification requires low specificity, since the set othsa
ilarity between audio signals, specifically for the task of bcover  sharing a common genre is potentially large, in relatiorht t
song detection. We consider an information-theoretic apprach, data set.

where we compute pairwise measures of predictability betwen A be defined diti f . |
time series. We compare discrete-valued approaches opeiiag on cover song may be defined as a rendition of a previously

quantised audio features, to continuous-valued approactseIn the recorded piece of musid[7]. Cover song identification is
discrete case, we propose a method for computing the normaktd deemed to have mid-level, diffuse specificity, since coeegs
compression distance, where we account for correlation beteen may differ from the original song in various musical facets,
time series. In the continuous case, we propose to Compmeincluding rhythm, tempo, melody, harmonisation, instrame

information-based measures of similarity as statistics ofthe tati Ivri d ical f C dinal
prediction error between time series. We evaluate our methas ation, lyrics and musical Torm. Lorrespondingly, covengo

on two cover song identification tasks using a data set commed identification remains a challenging problem [3].
of 300 Jazz standards and using the Million Song Dataset. For  In this work, we investigate methods for cover song iden-

both datasets, we observe that continuous-valued approaeb ftification that are based on quantifying pairwise predititgb
outperform discrete-valued approaches. We consider appaxches between sequences. From a music-psychological perspectiv

to estimating the normalised compression distance (NCD) Is&d the sianifi fintrinsi dictability i ical
on string compression and prediction, where we observe that 1€ SIgnificance orintrinsic predictability in musica semces

our proposed normalised compression distance with alignmme has been reflected on by Meyer [8], who considers the pos-
(NCDA) improves average performance over NCD, for sequendi  sibility of using Shannon’s information theory| [9] to qudnt
compression algorithms. Finally, we demonstrate that comtuous-  predictive uncertainty. Statistical learning is impliedt in
valued distances may be combined to improve performance vt  {orming musical expectations [10]; a successful approach t
respect to baseline approaches. Using a large-scale filtand- - ) ) y .

refine approach, we demonstrate state-of-the-art performace for mod_elllng expeqtatlons In response to an unfoldlng §tream o
cover song identification using the Million Song Dataset. musical events involves estimating sequential statistiuad-

els and computing information-theoretic measures of predi
tive uncertainty[[1l1]. As exemplified in_[12], an informatio
theoretic approach admits a rich conceptual framework for
guantifying predictive uncertainty in musical sequendes:.

our own purposes in cover song identification, we seek to

_ ) . o ... establish if an information-theoretic approach might befuis
I N the field of music content analysis, quantifying similgrit ¢, determining pairwise similarity between tracks.

between audio signals has received a substantial amoungaced on our previous work[ [13], we consider an
of interest [1]. Owing to the proliferation of music in digit ;tormation-theoretic approach to qt]antifying similgribe-
formats, there exists potential for applications using iMUSyyeen feature vector sequences. One possible approacth base
similarity techniques, in a wide range of domains. At theelevy, the non-Shannon information measure of Kolmogorov
of individual tracks, these domains span audio fingerpti ¢ pjexity [14], the normalised compression distance (NCD
[2], cover song identification [3], artist identification][45] 15 quantifies similarity between two strings in terms of
and genre classificatiohl[6]. Applications can be distisped joint compressibility. The NCD has been applied succebsful
according to theirdegree of specificitfl], referring to the .0ss a range of problem domains|[15]+{18], including musi
level of granularity required for retrieving audio track®m  ontent analysig [19]=[24]. For our chosen task of coveigson
a collection, given a query track. For example, in audiiengification, we interpret the NCD as a measure of pairwise
fingerprinting, the required specificity is high, since té s e ictanility. Using our information-theoretic frameskowe

Index Terms—Cover song identification, normalised compres-
sion distance, audio similarity measures, time series préction.

I. INTRODUCTION

of possible tracks corresponding to a particular recording compare the NCD to alternative predictability measuregtas
typically small, in relation to the data set. In contrastige o Shannon information. We provide an evaluation of com-
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The remainder of this paper is organised as follows: Sec-Using a signal processing approach, Ellis and Poliner
tion [ discusses related work on audio-based cover sof#l] determine component-wise cross-correlation maxima a
identification and methods for determining musical sinityar a measure of similarity between chroma features. Jensén [42
Sectionl introduces the pairwise similarity methods levacomputes the Euclidean distance between two-dimensional
uated in this work. Sectiof IV describes our experimentalitocorrelations of chroma sequences. More recentlyjrBert
procedure. Finally, in Sectioris]V and]VI we present resuliddahieux [43] proposes a key-invariant approach based on
and conclusions. applying the two-dimensional Fourier transform to chroma
sequences.

An alternative approach involves computing similarities
) o between discrete-valued representations of musical obnte
A. Musical Similarity Tsai et al. [44] apply DTW to discrete-valued sequences, us-

Methods for characterising similarity between sequenéesiog spectral peak-picking for predominant melody extiatti
audio features can be distinguished based on whether Beilo [45] and Lee([46] perform chord estimation with hidden
temporal order of features is discarded or retairied [1]. Markov models, using mappings of model states to chords.
the former so-called ‘bag-of-features’ approach, a widesg The resulting sequences are then aligned using DTW. Martin
method involves estimating distributions of features otetd et al. [47] heuristically select chroma bin maxima to detieen
from time-frequency representations of musical audib [Sfjads, before locally aligning sequences. We may consider
[26]-[31]. The bag-of-features approach is unable to modelf'W-based approaches, the string-based heuristic eealuat
the temporal aspect of music, in which rhythmic, harmonio [47] and the cross-correlation approach evaluated ifh §1
and melodic objects exhibit sequential structure and incivhialignment techniques, in the sense that they may be used to
repetition and variation are of importande [32]. Casey aridaximise pairwise correlation between sequences.

Slaney [38] emphasise the role of sequences for music simWith particular regard to this work, a number of approaches
ilarity applications, whereas Aucouturier et &l. [29] diss are based on applying the NCD to discrete-valued sequences.
the relative limitations of the bag-of-features approanh Using symbolic musical representations directly, Cilgorat

a comparison of musical and non-musical audio modellingl. [20] apply hierarchical clustering to pairwise distasc
Sequential approaches have been utilised in music steictbetween pieces of music, performing an analysis of clusters
analysis, for identifying repeated and contrasting segegn With respect to musical genres, musical works and artists. L
and their boundaries within a single piece of musicl [34], iand Sleep apply the NCD to genre classification of symbolic
addition to cover song identification. musical representations [19] and musical audid [21].

For audio-based cover song identification, Ahongn| [23]
obtains discrete-valued representations of frame-basexina
features by applying a hidden Markov model (HMM) to

Owing to the importance of tonal content in determiningerform chord transcription. Predicted chord sequences ar
whether a song is a cover of another, recent cover sotign converted to a differential representation, beforapat-
identification approaches typically extract represeatetiof ing pairwise distances between tracks using the NCD based
the tonal content using chroma features| [35].] [36]. Chronmm different compression algorithms. Ahondn 1[48] further
features quantify energy distributions across octaveefl proposes to compute multiple discrete-valued representat
bands, using pitch classes in the chromatic scale to maging additional HMMs and by computing chroma differen-
frequency bands to chroma bins. tials, before averaging separately obtained pairwiseadéss

A variety of cover song identification approaches are basading the NCD based on prediction by partial matching (PPM)
on aligning feature sequences. A widespread approach [49]. In addition, Ahonen[[50] investigates chroma-dedive
volves using dynamic programming to determine an optimedpresentations which are compressed using Burrows-\&theel
set of feature vector insertions, deletions and subsiitsti (BW) compression [51]. Belld [24] applies the NCD to recur-
obtained from a similarity matrix. Following Foote’s [37]rence plots computed on individual tracks, as a measure of
method of applying dynamic time warping (DTW) to astructural similarity between pieces of music. Finallypilia
similarity matrix constructed from spectral energy featyr et al. [52] proposes a similar approach to Ahonen based on
Gobmez and Herrerd [38] propose a DTW approach usiogiantising chroma-derived representations, observiag dh
chroma features. Serra et dl.l [7] propose to compute biraternative compression-based similarity measure ofdpas
rised similarity matrices, substituting DTW with an altative the NCD. Additionally, Silva et al/[53] propose a measure of
local alignment approach. The cross-recurrence apprsachguctural similarity based on video compression, observi
proposed by Serra et al. [39] extend the notion of simyaritsuperior performance using an alternative compressisaeba
matrices considered in the preceding investigations, at thmeasure. Our work extends the above investigations, in that
time-lagged chroma vectors are combined to form highese examine and propose the use of alternative information-
dimensional temporal features. In an alternative approatheoretic similarity measures to the NCD. Furthermore, we
Serra et al.[[40] utilise the previously described methdéd perform an extensive comparison of methods for estimating
representing chroma features in combination with nonalinethe NCD and related similarity measures, while proposing
time series prediction techniques, using the cross-ptiedic approaches which do not require quantising audio features.
error as a measure of similarity. A number of recent investigations are concerned with cover

Il. RELATED WORK

B. Cover Song ldentification
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song identification using large-scale music collectiongtain- To account for temporal structure in musical audio, we may
ing millions of tracks. For such collections, it is typicaihfea- use the NCD as a measure of musical dissimilarity between
sible to perform computationally expensive pairwise compasequences of quantised feature vectors [21], [23], [52lefi

isons between a query and every track in the collection.\Cadeo stringsxz = (x1,z2,...,2n), ¥ = (Yy1,¥2,-.-,Ynm), the
et al. [54] compute Euclidean distances between windowsiCD is defined as

chroma sequences. Pairwise similarity is then quantified as max{C(zy) — C(z),C(yz) — C(y)}

the number of distances falling below a threshold. Such an NCD(z,y) = max{C(z),C(y)} )

approach may be combined with locality-sensitive hashin ) _
[55] for retrieval with sub-linear time complexity, withspect WhereC'(-) denotes the number of bits required to encode a

to a single query. Using a similar approach, Bertin-Mahie dVen string, using a compressor such as the LZ compression

and Ellis [56] propose to identify salient ‘landmark’ chram &/gorithm [60]. Similarly,C(zy) denotes the number of bits
vectors in individual tracks by applying a thresholdingestie. €duired to encode the sequential concatenation of stings

Identified landmark vectors are then encoded as an integ-gf‘e NCD is an approximation of the normalised information

thus the collection may be represented as a lookup tafistance (NID)[15], defined as

Given a query, the same authors envisage that obtainedsresul 3)
max{K (z), K(y)}

are re-ranked using a computationally expensive appraech,

proposed by_ Khadkewch and Omologo [57]_' In_thls Wor_k, WWhere the uncomputable functiol (-) denotesalgorithmic

apply such dilter-and-refineapproach [58], using information-; o, v conten(AIC), also known as Kolmogorov com-
plexity. The AIC of a given string is the length in bits of the

theoretic similarity measures in the refinement stage.
shortest program which outputs the string and then termsnat

C. Information-Theoretic Methods [14]. Similarly, K(z,y) denotes the length of the shortest
program which outputs, y, in addition to a means of distin-

L*ishing between both output strings [[14]. Thus, AIC quan-
. : . : tifies the number of bits required to represent specifiedtinpu
jointly compressing two discrete-valued sequences is due rt ; . : .

1 : strings, under maximally attainable compression. Funtioge,

Loewenstern et al[ [59] in the context of nucleotide seqaen

. ; . : g'le NID characterises dissimilarity using the transfoiorat
clustgrlng. By parsing sequences using the Lempel-Ziv (L der which input strings most closely resemble each other
algorithm [60], Ziv and Merhav[[€1] propose a method fOL
comparing sequences by compressing one sequence u "\%e
a model (_estlmat(_ad on the other sequence. An aIter_ne}tN&D as an approximation of the NID, where the choice of
approach is considered by Benedetto etlall [62] for buildin mpressor determines the feature space used to compute
language trees, where sequences are jointly compresded. Cl

. ‘ . . 2 . Similarities [64] in the NCD. Furthermore, note that the
brasi et al.[[63] motivate their approach of jointly comzieg . . . .
L ; : choice of sequential concatenation @zy) to approximate
sequences as an approximation of the normalised informati - S
distance [15] (z,y) represents an additional heurisfic[15]. In the follow-

ing sections, we describe our contribution: We first conside
in Section[II-A the NID from the perspective of Shannon
I1l. APPROACH information, using which we propose a modification to the
We denote with X = (xi,%2....xy), Y = NCD in Sectior 1I[-B. We then propose alternative prediatio
(y1,¥2,...,yy) two multivariate time series, each repreloased measures of similarity in Section TlI-C. We detail our
senting a sequence of feature vectors extracted from a pi@e@roach of applying such measures to continuous-valued
of musical audio. If we assume that bo¥), Y consist of S€AUENCcesin Sectién IIMD.
independent and identically distributed realisationsegated
respectively by stochastic processeésY’, one possible meansA. Quantifying Time Series Dissimilarity Using Shannon In-
of quantifying dissimilarity between time series involvite formation

NID(z,y) =

Information-theoretic similarity measures between tirae s
ries have been proposed in a variety of domains. The idea

are interested in examining the performance of the

Kullback-Leibler (KL) divergence, defined as We approach the problem of quantifying dissimilarity from
() the perspective of Shannon information. We assume finite-
Dkr(px|lpy) :/px(u) log (px( )) (1) order, stationary Markov source¥, Y. We denote with
py(u

X1.n the sequence of discrete random varialo€s, . .., X )
where px (u), py(u) denote the probability density of ob-emitted by sourceX at times1,...,N. We denote with
servationu emitted by X, Y, respectively. Viewed in terms Hu(X), H,(X,Y), H,(X|Y) the entropy rate, joint entropy
of Shannon information and taking the logarithm to base Bte and conditional entropy rate, respectively defined as
recall that the KL divergence quantifies the expected number 1

of additional bits required to represent observationsteahiby Hy(X) = nh_ﬁlo gH(le Xzpoony Xn) (4)
information sourceX, given an optimal code for observations 1

emitted by information sourck. The KL divergence has been H.(X,Y) = lim EH((Xla Y1), (X2, Y2), ..., (Xn, Ya))
widely used in conjunction with a ‘bag-of-features’ apprba (5)
for low-specificity music content analysis tasks$ [1]. H,(X|Y)=H,X,Y)—H,Y). (6)
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The entropy rated,,(X) defined in[(#) quantifies the averageC. Predictive Modelling

amount of uncertainty about’,, while accounting for depen- ag previously described, the NCD and NCDA rely on
dency betweenX, for all n. Analogously, the joint entropy getermining the number of bits required to encode strings,
rate H,(X,Y’) defined in [[b) quantifies the average amounfsing a specified compression algorithm. As an alternative
of uncertainty about the paifX.,,Y,) emitted by sources gpproach, we consider the relation between predictalitity
X,Y, while in addition accounting for correlation betweerd:ompressibility [67], [[68] and perform sequence predittio
the sources. For the conditional entropy rdfg(X|Y) we e illustrate our approach for the case of discrete-valued

have observations. First, recall that the entropy ratg(X) is given
.1
Hu(X[Y) = lim ~H(X10 Vi) = HYiw) (1) % .
- nhﬁngo EH(Xl:n|Y1:n)- (8) g nee Il:nZG:A"

From [8) we may interpretd,(X|Y) as quantifying the WherePx (z1.,) denotes the probability of observing,., =
average amount of uncertainty about a given emissign %1m, With z1., € A" according to the alphabetl. We
while taking into account dependency between observatighgy interpret the quantity- log Px (z1.,) as the number of
emitted by X and given knowledge of observations emitte@its required to represent,.,, assuming an optimal code.
by Y. H,(X) thus quantifies the expected number of bits required to
For N observations emitted from sourc¥, up to an representa single observation emitted’bywhile accounting

additive constant the expectatiiK (X,.y)] may be approx- for dependency between observations. Assume that we have
imated using the entropy [65], an empirical estimate’x of the distribution Px, based on

finite observations:;. . Following [69], we estimate{,, (X)

E[K(X1.y)] & H(X1.n). usingaverage Iog—Ios%(Px,xl;N), defined as

Usin , [3), we assume further approximations A 1 .
g @) KE) E[K X N pp f(Px,.%'l;N) = —N lOgP)((.Tl;N) (15)
( l:N)] ~ NHN(X) (10) ] N
E[K(X1.y,Yin)] ~ N H,(X,Y) (11) =¥ (log Px(z1) + Y _log Px(wi|z1:-1)
whereE[K (X;.n, Y1.n)] denotes the expected valuefsf-, -) = (16)

for N observations emitted from sourcé§ Y. In terms of . ] N
Shannon information, following [66] we usgl (6) and estimat¥here Px (zi|z1.i-1) denotes the estimated probability of

the NID as observingz;, given preceding context;.;_;. Using [16), we
thus compute average log-loss by evaluating the likelihood
H,(X|Y), H,(Y|X . . 2T
NID(X,Y) ~ max{ H,(X|Y), H,(Y|X)} (12) of observationsr;.;_; under the estimated distributioRx,

max{H,,(X), H,(Y)} which we may conceive of as performing a series of predic-

B. Normalised Compression Distance with Alignment tions bas.ed on increasingly Ior_lg contexig;,. Since Px
is an estimate ofPx, the described process is termself-

As given in [12), the NID utilises the joint entropy rateyrediction [40].
H,(X,Y), which accounts for correlation between sources. \we denote WithPy (z1.,) the probability of observings.,,

In contrast, the approach of compressing sequentially cqfym sourcey’. A measure of disparity between sourcésy’
catenated strings to estimafé(z,y) may be inadequate for s the cross entropy ratdf * (X,Y)
’L]‘ b)

compressors based on Markov sources, since correlation is 1
not accounted for [€6]. To address this possible limitgtioa H}j (X,Y) = lim —— Z Px (21.n) log Py (21.)

propose the normalised compression distance with alighmen e M ean
(NCDA), defined as (17)
o quantifying the expected number of bits required to represe
NCDA(z,y) = C((z,y) — min{C(z), Cy)} (13) observations emitted by sourcé, given an optimal code for

max{C(z), C(y)} sourceY. We estimatet (X,Y’) by computing the average
where (a, b) performs alignment as a means of maximising)g_mssg(p%xl:N) based on iterated prediction, wheRs
correlation between integer-valued stringsh. We generate denotes an estimate & based on observations. ;. Since
equal-length strings by padding the shorter of the two g&inp, | p, represent disparate sources, the described process
with the most common value of the longer string. Then, Wg termedcross-prediction[40]. Analogous to the NCD, as

determine the lag which maximises cross-correlation betwey symmetric distance between sourceésY based on cross
strings, before circularly shifting using the obtained lag entropy, we compute the quantity

value. Finally, we mterleave. strings. We motivate our ckoi HX(X,Y)+ HX(Y,X)
of cross-correlation by considering that cross-corretatnay D*(X,Y)=—£ L
be computed efficiently, as a series of inner products. Hence Hu(X) + Hu(Y)
our choice of cross-correlation is pragmatic; an alteweati where in [[I8) the denominator serves as a normalisationrfact
approach might involve minimising NCDA with respect to alanalogous to the denominator i (2) and where we use self-
lags, or aligning strings using an alternative algorithm. prediction to estimatd?,,(X), H,(Y).

(18)
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To obtain a prediction-based estimate of the NIOA (12), wwith ¢/(¢) defined as
may estimated, (X), H,(Y") again using self-prediction. Fur- ,
thermore, we estimate the conditional entropy tHig X|Y") ¢ )
using the distributiodf’xw, referring to the estimated distribu-
tion of observations emitted by, given knowledge of obser- <
vationsy.,, emitted byY". Analogous to self-prediction anddisregarded.

- . A Finally, to perform conditional self-prediction, we use
cross-prediction, we define the quanttyPx |y, z1.x, y1:1), both timye—deIaF))/ embedded space%, sX. Fz;iven predictions

£(Px|y,x1:N, Y1:M) = Ya(t)+h» Xq'(t)+h» FESPECtively obtained using cross-prediction

= arg max corr(si,s) (24)
k€ld.. N=h], |k—t|>R

and whereR denotes the radius below which observations are

1 N and self-prediction, we compute the linear combination
—— | log P ., log P Tt Y 3
N ( og X\Y($1|y1.M) + ; og X\Y($ |x1. 1,Y1:M) Kith = Yo(t)yon @ + Xy (t)1h (1-— a). (25)

(19)  Similar to the approach given in_[72], ih_(25) for weighting
We refer to the process used to complitd (19f@sditional Ccoefficienta: we use

self-prediction MSEsci
= 26
“ MSEsclf + MSEcross ( )
D. Continuous-Valued Approach whereMSE...ss, MSEq.ir respectively denote cross-prediction

The quantities described in Section 1-C may be computédnd self-prediction mean squared errors. Fig. 1 (c) depicts
using quantised feature vectors [21], [23], [31],][52]. Asonditional self-prediction schematically.
an alternative, we propose an approach requiring no priorGiven the sequence of predictio®s., we denote with
quantisation. As used ir_[40], in our approach we utilise. the rescaled prediction error, whoite component; ,, is
non-linear time series prediction. In contrast fo[40], weiven by .
are concerned with evaluating distance measures which we €in = Lin = Tin (27)
compute as statistics of prediction errors. Therefore, ge u §i
a comparatively straightforward nearest-neighbours@gghr. where s; denotes the sample variance of ti# compo-
Given the sequence of feature vectd®s consider first the nent (x1.5); in x1.y. We contrast our approach with the
process ofime-delay embeddinfyQ], which yields the vector component-wise normalised mean squared error (NMSE)

sequence&©, whose elements® are defined as based on cross-prediction used in|[40], which may be ap-
plied as an alternative measure of dissimilarity betwesre ti
8" = vec (Cr, C(r—1)rs -+, €(r—d-+1)r). (20)  series. Our approach is based on assuming that the predic-

According to [20), each elemensC aggregates fea- tion error may be represented using a normally distributed
ture vectorc, along with its preceding temporal contexfandom variableZ with samplese,.y. Using the samples,
(C(r—1)rs---»C(r_a+1)r). The amount of temporal context isWe estimate the predlct|(_)n_err0r entropy( %) parametrlca_llly. _
controlled by parameterd, 7, respectively referred to as!n the case of self-prediction, we assume the approximation
embedding dimensioand time delay Operatorvec denotes H(Z) ~ H,(X); analogously in the case of cross-prediction
vectorisation. and conditional self-prediction, we assume respective@pp
Our method of predicting features is based on determiniif§ations H(2) ~ H; (X,Y), H(Z) ~ H,(X|Y). Assuming
nearest neighbours in time-delay embedded space. We fitgtmality, we estimate?(Z) using the equation
illustrate our method for the case of cross-predictionjated
schematically in Figldl (a). Given sequenggys, we denote
with %, the estimated successor of sequergg, 1,

H(Z)= %log(27re)k|2| (28)

where 3 denotes the sample covariance af. In our
Keth = Yo(t)+h (21) continuous-valued approach, using the prediction metieds
o ) ) picted in Fig[1, we thus estimate information-based messur
whereh denotes theredictive horizor(how far into the future 54 statistics of the prediction error sequence. We thertisutes

we predict), and where we defingt) as the obtained quantities i {112) arfd{18) to obtain contirs4ou
q(t) = arg max corr(sy,sX) (22) Vvalued, prediction-based analogues of the NID and distance
keld.. M—h] D*. The continuous-valued, prediction-based approach con-

with corr(sY,sX) denoting the sample Pearson correlatioff@Sts With our discrete-valued, prediction-based meipd-

coefficient between vectoss’ , sX. We motivate use of corre- \éfrl:lsIgleSds?sﬁtg)::eénmse?ﬁgg%;bzzgdinog;%ﬁf;alued
lation coefficients as an alternative to the Euclidean dista P )

following [[71].

Depicted schematically in Fig]1 (b), to perform self-
prediction we sefY = X. Since features may be slowly- We first evaluate our proposed methods using a s800f
varying, when forming predictiof, , we disregard observa-audio recordings of Jazz standdddVe assume that two
tions in the immediate past of time stepThus we define  tracks are a cover pair if they possess identical title g&in

IV. EXPERIMENTAL METHOD

it+h = Xq/(t)+h (23) Thitp:/iwww.eecs.qmul.ac.ukbeterf/jazzdataset.htiml
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Yim XLN X1:N
A B— ]

Estimate model Estimate model YiMm Estimate model
i Model v Model i Model
Xl F f X1 R P Xl F f
orecast features 5{”+l €nit orecast features )'2”71 €1 orecast features 5(”+1 €nit
Xn+1 Xn+1 Xp+1
(a) Cross-prediction (b) Self-prediction (c) Conditional self-prediction

Fig. 1. Evaluated prediction strategies. Sequencgs;,y1.as Serve as model inputs, observation context,, forms basis of predictiorx,,+1. Quantity
en+1 denotes prediction error.

Thus, we assume a symmetric relation when determining covesampled beat intervals. Finally, we normalise features a
identities. The equivalence class of tracks deemed to bersowdescribed for the Jazz dataset.

of one another is aover set The Jazz data set comprises 97

cover sets, with average cover set size 3.06 tracks. B. Key Invariance

Furthermore, we_perform a large-scale evaluation based_l_o account for musical key variation within cover sets, we
on the MSD [[25]. This dataset includes meta-data and pre- y '

computed audio features for a collection ©6° Western itragip?g%)cxgmg dsﬁ?ug?\f:; t\ljvsc;nc?h:gfn;?/telrc?tzlr tsr:njgiz:
popular music recordings. We use a pre-defined evaluati = d

set of 5236 query tracks partitioned into 1726 cover fets™ Y, we form summary vectordix, hy Dby averaging
: . , gver entire sequences. The OTI corresponds to the number
with average cover set size 3.03 tracks. Followingl [43], for, . ) : : : o
. : . of, circular shift operations applied thy which maximises
each query track, we seek to identify the remaining cover s[ﬁt

members contained in the entité® track collection. € inner product betweelnx andhy,
OTI(hx, hy) = arg max hx - circshift(hy, ) (29)
A. Feature Extraction ) ' . )
) ) where circshift(hy, i) denotes applying circular shift op-
For the Jazz dataset, as a representation of musical harmksions tohy. We subsequently shift chroma vectdys by

content, we extract 12-component beat-synchronous Chro@ﬁ*l(hx,hy) positions, prior to pairwise comparison.
features from audio using the method and implementation de-

scribed in[[41]. Assuming an equal-tempered scale, theodeth L

accounts for deviations in standard pitch from 440Hz, btshi & Quantisation

ing the mapping of FFT bins to pitches in the rangetdf.5 For discrete-valued similarity measures, we quantisernaro
semitones. Following chroma extraction, beat-syncheiitia features using the<-means algorithm. We cluster chroma
is achieved using the method described[in| [73]. First, ondéegtures aggregated across all tracks, where we consider
detection is performed by differencing a log-magnitude Metodebook sizes in the rang@.. 48]. To increase stability, we
frequency spectrogram across time and applying half-wa@gecute thell-means algorithn20 times. We then select the
rectification, before summing across frequency bands.rAftelustering which minimises the mean squared error between
high-pass filtering the onset signal, a tempo estimate imddr data points and assigned clusters. The described quéonisat
by applying a window function to the autocorrelated onsétethod performs similarly to an alternative based on paegwi
signal and determining autocorrelation maxima. Varying ttsequence quantisation; for a detailed discussion we refer t
centre of the window function allows tempo estimation t@ur previous work[[13].

incorporate a bias towards a preferred beat rate (PBR). The

tempo estimate and onset signal are then used to obtainANDistance Measures

optimal set of beat onsets, by using dynamic programming.\ne symmarise the distance measures evaluated in this work

Chroma features are averaged over beat intervals, befﬂ{eTable[] where for each distance measure. we list our
applying square-root compression and normalising Chror@@timation'methods '

features with respect to the Euclidean norm. Based on OUhne utilise the following algorithms to compute distance

E{Eﬂ?eu?bvg%; 18], we evaluate using a PBR of 240 beats Pfleasures by compressing strings: Prediction by partiatimat

ing (PPM) [49], Burrows-Wheeler (BW) compressidn [[51
The MSD includes 12-component chroma features alon g ( ) 149] (BW) P [51]

. . . Snd Lempel-Ziv (LZ) compression [60], implemented respec-
side predicted note and beat onséts| [74], which we usetf\';'ely as PPMI. BzIPH and zLIBE. In all cases, we

our evaluations. In contrast to the beat-synchronous rfeﬂtuSet parameters to favour compression rates over computatio

pt_)t_alned .for the Jaz; dataset, MSD _chroma featqres %fie. To obtain strings, following quantisation we map gee
initially aligned to predicted onsets. Motivated by our i®o codewords to alphanumeric characters

of PBR for the Jazz dataset, we resample predicted beatsonset
to a rate of 240bpm. We then average chroma features oventtp:/icompression.ru/ds/

4http://bzip2.org
Zhttp://labrosa.ee.columbia.edu/millionsong/secondha Shttp://zlib.ord
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We use the described compression algorithms to deterdn the first stage, we quantise as described in Se€fionl IV-C
mine the length in bits of compressed strings and compwad represent each track with a normalised codeword his-
NCD, NCDA distances. In a complementary discrete-valugédgram. Given a query track, we then rank each of the
approach, we use string prediction instead of compressi@andidate tracks using the L1 distance. To account for key
Using average log-loss, we compute NCDA using the formulariation, for each candidate track we minimise L1 distance

. ) . - across chroma rotations. We then determine theltep 1000
UPx vy, (x,Y)) - mln{f(PAx,iv),f(Py,y)} (30) candidate tracks, which we re-rank in the second stage us-
max{/(Px,z),{(Py,y)} ing our proposed methods. After both retrieval stages, we

normalise pairwise distances as described in Se¢fion] IV-D.

where/(Pix,y), (z,y)) is the average log-loss obtained from, . report performance based on the final ranking ofLaft
performing self-prediction on the aligned sequeficgy). We candidate tracks, across query tracks.

compute a prediction-based variant of NCD analogously by

predicting sequentially concatenated strings withoufqrer-

ing any alignment. In addition, we use cross-prediction fo Performance Statistics

estimate distance measure, as defined in(18). We perform As used in[[24], we quantify cover song identification accu-

string prediction using Begleiter's [69] implementations racy using mean average precision (MAP), based on ranking

PPMC and LZ78 algorithms. tracks according to distance with respect to queries. Th&eMA
Note that the KL divergence given ial(1) is non-symmetrids obtained by averaging query-wise scores, where we may

In our evaluations, we observed that computing a symmetifterpret each score as the average of precision value®at th

distance improved performance; based on KL divergence, wanks of relevant tracks, where relevant tracks in our case a

compute the Jensen-Shannon divergence (I3R)px|lpy), covers of the query track. Following[24], we use the Friedma

defined as test [77] to compare accuracies among distance measures.
The Friedman test is based on ranking across queries each
Dys(pxllpy) = Dxu(pxllpa) + Dr(pylpa) — BL) gistance measure according to average precision. We cembin
wherep, denotes the mean ofy, py, the Friedman test with Tukey’s range test|[78] to adjust for
1 Type | errors when performing multiple comparisons.
pa =3 (px +py)- (32) As a subsidiary performance measure, for each query we

compute the precision at rank with » € {5,10,20}. We

As a baseline method, we compute the JSD between symbghsequently average across queries to obtain mean precisi
histograms normalised to sum to one. at rankr.
We evaluate continuous-valued prediction using timeydela
embedding parameters € {1,4}, d € {1,2,4}, 7 €
{1,2,4,6}, setting the exclusion radius il (24) t8 = 8 7 o _ _
based on preliminary analysis using separate training th¢a 10 determine if combining distance measures improves
compute distance measuf#* using cross-prediction to esti-COvVer song |den'_[|f|cat|_on accuracy, we obtain pairwise dis-
mate the numerator ifi.(1L8). In a complementary approach, {f@ces as described in Sectibn TV-D. We denote valff)
estimate the NID using conditional self-prediction to estie the pairwise distance between tith query track and thgth-
the numerator if{d2). Fab* and NID, we use self-prediction result cand!date, obtained using thth dlstaqce measure in
to estimate the denominator iR {18].112), respectively. our evaluation. We transform];ﬁj by computing the inverse
Finally, to compensate for cover song candidates cons@nkd/ilfj-
tently deemed similar to query tracks, we normalise pagwis dg’fj =1- rank(df’j)il (33)
distances using the method described [in! [75]. We apply

k k i
distance normalisation as a post-processing step, beéone ngter_erznk({lﬁ’j) denott(tes the rar:k QLU amciﬂg;tlu ((::i;.sttances
outing performance statistics. obtained with respect to query trackgiven thekth distance

measure. We apply this transformation to protect againtt ou

liers, while ensuring that distance decreases rapidlyriorkt

E. Large-scale Cover Song Identification pairs deemed highly similar, for decreasing distance. Note
For music content analysis involving large datasets, alghat since our distance transformation preserves mornmtgni

rithm scalability is an important issue. The approachesis t and MAP itself is based on ranked distances, performance of

work by themselves require a linear scan through the datagemixed distance measures is uninfluenced by this transform

for a given query, which may be infeasible for large datasetion. Finally, we combine distances*;, " by computing

We use a scalable approach for our evaluations involving taeweighted average of distances pooled usifgx and min

MSD. Following [57] and similar to the method proposed i®perators,

[76], we incorporate our methods into a two-stage retrieval e .tk g

process. By using a metric distance to determine similarity max{dij, diij} B+ min{di;, diGh (1= 5)  (34)

in the first retrieval stage, we allow for the potential use afhere we varys in the rang€0, 1]. We motivate our approach

indexing or hashing schemes, as proposed_in [54], [58]. V@& the basis that we may interpret inverse ranks as estimated

then apply non-metric pairwise comparisons in the secopdobabilities of cover identities, furthermore the operat

retrieval stage. max and min have been proposed as a means of combining

G. Combining Distance Measures
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Distance measure  Definition  Estimation method

NCD Eqn.[2 String compression (LZ, BW, PPM)  Discrete prediction (LENF)
NCDA Eqn.[I3 String compression (LZ, BW, PPM) Discrete prediction (LZBN#)
DX Eqn.[1I8 Discrete prediction Continuous prediction
Djs Eqn.[31 Normalised symbol histograms
NID Eqn.[12 Continuous prediction
TABLE 1

SUMMARY OF EVALUATED DISTANCE MEASURES.

probability estimates for classificatidn [79]. In formindimear that NCD approaches should outperform the bag-of-features
combination, we evaluate the utility afiax pooling versus approach, by accounting for temporal structure in timeeseri
min pooling. An alternative approach based on straightforwahd contrast, for the MSD and for optima{’, both NCD and
averaging did not yield any performance gain. NCDA outperform JSD across all evaluated compression algo-
rithms. We attribute this disparity to differences in datasize,
where for the Jazz dataset the problem size may be suffigientl

H. Baseline Approaches . :
- o _small to amortise advantages of using NCD, NCDA compared
In addition to the JSD and cross-prediction NMSE baselingg, jgp.

we include an evaluation of the method and implementation
described in[[41] based on cross-correlation. As a rand . -
[41] . Discrete-Valued Approaches Based on Prediction

baseline, we sample pairwise distances from a normal dis- = . .
tribution. In Fig.[3, we consider the performance of distance measures

based on string prediction. For the Jazz dataset, compladng
loss estimates of NCD and NCDA using the LZ algorithm,
. . averaged across codebook sizes NCDA outperforms NCD; we
A. Discrete-Valued Approaches Based on Compression  gpiain a mean relative performance gain16b.1% (Fig. 3

In Fig.[2 (a)—(c), we examine the performance of discretéa)). For the PPM algorithm, although NCD maximises perfor-
valued NCD and NCDA distance measures, combined withance (MAP0.140), we obtain a mean relative performance
LZ, BW and PPM algorithms and based on the Jazz dataggin of 19.3% using NCDA over NCD (Fig[d3 (b)). Impor-
For the LZ algorithm, NCDA yields a relative performanceantly, for both LZ and PPM the cross-prediction distaizé
gain of38.6%, averaged across codebook sizes. In contrast, fmmsistently outperforms NCD and NCDA; fdf = 16 and
PPM, with the exception of small codebook sizes in the rangembined with PPM compression, we obtain MAB29. For
[2..8], NCDA yields no consistent improvement over NCDthe MSD and using LZ compression, in contrast to the Jazz
however averaged across codebook sizes we obtain a mdataset we observe a mean relative performance 10$3%6
relative performance gain dfl.0%. Finally, the effect of using when comparingD* with NCDA. For both LZ and PPM,
NCDA is reversed for BW compression, where performand¢CDA compared to NCD yields mean relative performance
decreases by an average2if8%. gains of17.6% and24.0%, respectively.

Examining results for the MSD in Fifj] 2 (e)—(g), we observe
similar qualitative results for LZ and BW algorithms. Foeth ¢ continuous-Valued Approaches

LZ algorithm, NCDA yields an average relative performance . .
) . Table [l displays the performance of continuous-valued
gain of 10.1%, whereas for BW compression we observe "
) prediction approaches. Note that fée= 1, parameterr may
an average relative performance loss6di%. In contrast to

the Jazz dataset, for PPM we observe an average relal |\?eSet to an arbitrary integer followmﬂ 20). We consider
results obtained for the Jazz dataset (Table Il (a)—(c)ndJs
performance loss of.5%.

For both datasets, NCDA appears to be most advantagegﬂgdItlonaI self-prediction to es_tlmate the NID, maxinise
combined with LZ compression, whereas BW yields the leasy 05° paramete-rfa.d,T we obtain MAP0‘346' In compar-
' on, cross-prediction distancP> yields MAP 0.454. As

ST |
advantfa\geous result. Note that BW compression is blogg baseline, we determine the cross-prediction NMSE, where
based in contrast to LZ and PPM compressors, both of which ™" )
X . : ; maximising across parameters we obtain MARS9. TablelTl
are sequential. We attribute this observation to perfoean . .
a E(C) displays performance against evaluated parameter

idr:ffgreecr:;;ensmamor:gl Coomnp;i?;:isﬁ S|Ir\1/|c:rktg$ 2§3$£2t'0£§tinm iNations. Examining results for the MSD in Tablé Il (d)+(f)
Y 9 ' e obtain qualitatively similar results with maximum MAP

differences in relative performance gains between daas?/alueso.0303, 0.0498 and 0.0499 for NID, D* and NMSE,

following [57] we further conjecture that chroma feature ; . :
L egpectively. For both datasets, we observe that incrgaisa
representation influences the performance of the evaluate . :
value ofd consistently improves performance. In contrast, we

distance measures. ohserve no such effect for parameters
We examine the performance of JSD between normaliseB P '

symbol histograms, as displayed in Fiyy. 2 (d), (h). Surpdsi, )

for the Jazz dataset and fak > 8, JSD outperforms D- Summary of Results and Comparison to State of the Art
compression-based methods, with maximum MAP s6d&9 Fig.[4 (a), (b) displays the result of significance testing as
obtained forK = 48. This result is contrary to our expectatiordescribed in Section IViF, where we assume 95% confidence

V. RESULTS
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NCDA —— " NCDA —— NCDA —— " TispD ——
04 - NCD —<— 04 NCD —=— - 04 NCD —=— - 04 k
03 B 03 E 03 E
o o o o
< < < <
= = 02+ = 02+ =
0.1 E 0.1 E
Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il
2 8 16 24 32 40 48 2 8 16 24 32 40 48 2 8 16 24 32 40 48 2 8 16 24 32 40 48
Codebook size Codebook size Codebook size Codebook size
(a) LZ (Jazz) (b) BW (Jazz) (c) PPM (Jazz) (d) JSD (Jazz)
T T T N\(:DA\ T T T T N\(:DA\ T T T T N\(:DA\ T T T T \JSD\ T T
—x— —x— NCD —x—
0.05 NCD B 0.05 |- NCD S 0.05 |- C N 0.05 B
0.04 - B 0.04 - B 0.04 - 1 0.04
% 0.03 %( 0.03 %( 0.03 B % 0.03
= : = ’ = ’ = :
0.02 - B 0.02 |- E 0.02 |- 1 0.02
0.01 B 0.01 | B 0.01 |- 1 0.01
Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il Il
2 8 16 24 32 40 48 2 8 16 24 32 40 48 2 8 16 24 32 40 48 2 8 16 24 32 40 48
Codebook size Codebook size Codebook size Codebook size
(e) LZ (MSD) (f) BW (MSD) (g) PPM (MSD) (h) JSD (MSD)

Fig. 2. Effect of codebook size and distance measure on masmage precision (MAP). Results displayed for Lempel-2iZ), Burrows-Wheeler (BW)
and prediction by partial matching (PPM) algorithms in sgifes (a)—(c), (e)—(g), for Jazz and MSD datasets respbctiBubfigures (d), (h) display results
for Jensen-Shannon divergence baseline (JSD), for Jazk&mi datasets respectively.

d T=1 T=2 T=4 T=26 d T=1 T=2 T=4 T=6 d T=1 T=2 T=4 T=206
1 | 0282 0.282 0.282 0.282 1| 0.347 0.347 0.347 0.347 1 | 0.344 0.344 0.344 0.344
h=1| 2 | 0.308 0.311 0.293 0.312 h=11] 2 | 0412 0.403 0.390 0.403 h=1 | 2 | 0.402 0.396 0.385 0.389
4 | 0.327 0.332 0.318 0.318 4 | 0454 0.446 0.432 0.423 4 | 0.448 0.452 0.428 0.433
1 | 0.243 0.243 0.243 0.243 1| 0.293 0.293 0.293 0.293 1 | 0321 0.321 0.321 0.321
h=4 | 2 | 0.262 0.273 0.291 0.284 h=4 | 2 | 0352 0.364 0.377 0.365 h=4 | 2 | 0.362 0.375 0.390 0.379
4 | 0.307 0.313 0.346  0.321 4 | 0.408 0.428 0.432 0.435 4 | 0417 0.450 0.446  0.459
(a) NID estimate; conditional self-prediction (Jazgp) D* estimate; cross-prediction (Jazz) ¢) NMSE; cross-prediction (Jazz)
d =1 T=2 T=4 T=6 d T=1 T=2 T=4 T=6 d =1 T=2 T=4 T=6
1 | 0.0191 00191 0.0191 0.0191 1| 00451 0.0451  0.0451 0.0451 1 | 0.0341 00341 0.0341 0.0341
h=1 | 2 | 0.0230 0.0222 0.0239 0.0250 h=1| 2 | 0.0476 0.0477 0.0479  0.0475 h=1 | 2 | 0.0404 0.0420 0.0431  0.0437
4 | 0.0238 0.0275 0.0303 0.0295 4 | 00489 0.0494 0.0494 0.0489 4 | 0.0447 0.0474 0.0478  0.0465
1 | 0.0200 0.0200 0.0200 0.0200 1 | 0.0465 0.0465 0.0465 0.0465 1 | 0.0431 00431 0.0431 0.0431
h=4 | 2 | 0.0208 0.0239 0.0236 0.0260 h=4 | 2 | 0.0470 0.0480 0.0484  0.0487 h=4 | 2 | 0.0450 0.0457 0.0467 0.0471
4 | 0.0228 0.0276 0.0303 0.0301 4 | 0.0478 0.0488 0.0498 0.0491 4 | 0.0466 0.0494 0.0499 0.0494
(d) NID estimate; conditional self-prediction (MS¢) D> estimate; cross-prediction (MSD) (N NMSE; cross-prediction (MSD)

TABLE 1l
MEAN AVERAGE PRECISION SCORES FOR DISTANCES BASED ON CONTIRWS PREDICTION IN EACH SUBFIGURE PARAMETERSh, 7, d DENOTE
PREDICTIVE HORIZON, TIME DELAY AND EMBEDDING DIMENSION, RESPECTIVELY RESULTS DISPLAYED IN SUBFIGUREYA)—(C), (D)—(F) FORJAZZ
AND MSD DATASETS, RESPECTIVELY

intervals and where we maximise across evaluated paramgteraches based on string compression, we note that using
spaces. Tablell displays a corresponding summary of MARCDA with BW compression significantly decreases perfor-
scores. As baselines we include Ellis and Poliner’s crogsiance with respect to NCD. Similarly, using NCDA de-
correlation approach_[41], in addition to randomly samplecteases MAP scores for PPM. Although we do not observe
pairwise distances. For the MSD, when used without any fua- significant performance gain using NCDA over NCD for
ther refinement method, our filtering stage based on norathlid.Z compression, performance improves consistently across
codeword histograms yields MAP 0.0056. datasets. For the Jazz dataset, we observe that the JSihbasel

. significantly outperforms the majority of string-compriess
For both Jazz dataset and MSD, we observe that continuoy proaches. In contrast, for the MSD the majority of string-

valued approaches based on cross-prediction consistautty compression approaches significantly outperform the JSD

perform discrete-valued approaches. Moreover, with the ex_ . : . . )
ception of NCD combined with PPM-based string compressior?selme' Whereas PPM with distan£e® consistently out

. . . performs all discrete-valued approaches for the Jazz elatas
and for the MSD, using continuous-valued cross-predicti . i PP :
L X M with compression-based NCD consistently outperforms
significantly outperforms discrete-valued approaches.dps
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‘ ol ‘ Tt E. Combining Distances
04 NCDA —%— 04 | NCDA —x— 7 i ) . .
NCD —¥— NCD —*— Finally, using the method described in Sectlon V-G, we

combine distances obtained using continuous-valued @redi
tion. Fig.[3 displays MAP scores against mixing parameter
8, for Jazz dataset and MSD. We consider the combina-
tions D*& NMSE, D*& NMSE& NID, the latter combina-
tion which we evaluate with respect to optiniafor the former

MAP
MAP

02 | B

0.1 B

e L combination.
2 8 16 24 32 40 48 2 8 16 24 32 40 48 Compared to using the baseline NMSE alone, across all
Codebookcsize Codebooksize 3 and for both datasets we observe that combining NMSE
(@) LZ (Jazz) (b) PPM (Jazz) with D* improves performance: For the Jazz dataset, we
CT T T R observe maximal MAP score 0.496, corresponding to a gain of
0.05 |- NSeD - 0.05 |- NSe = A 8.1%. For the MSD, we observe maximal MAP scor€516,
0.04 004 L corresponding to a gain &£4%. We observe no performance

gain by further combining NID estimates with NMSE ahxf,
obtaining maximal MAP scores 0.432 and 0.0463 respectively
0.02 8 for Jazz dataset and MSD. Additional evaluations reveated n
performance gain using unnormalised distances.

0.03 0.03 B

MAP
MAP

0.02

o o Table[I summarises MAP scores; in Figl 4 (c), (d) we
2 6 16 24 32 40 4 2 5 16 24 %2 40 a8 test for differences in performance among combinations of
Codebook size Codebook size distances based on continuous-valued prediction. Cordpare
(c) LZ (MSD) (d) PPM (MSD) using the baseline NMSE alone, combining NMSE widt

significantly improves performance for both the Jazz datase
Fig. 3. Effect of codebook size and distance measure on mearage aNd MSD. In addition, Table IV reports performance in terms
precision (MAP). Results obtained using string predictiproach, displayed of mean precision at ranks Matching previous observations,
for Lempel-Ziv (LZ) (subfigures (a), (c)) and prediction bwrpal match ; ;
(PPM) (subfigures (b), (d)), for Jazz and MSD datasets réispsc for Jazz _dataset and MSD, the (_:o_mblnatlop Of. NMSE and
D* consistently outperforms remaining combinations. At rank
r = 5, relative to the NMSE baseline, we obtain a performance
gain of 10.0% for the Jazz dataset arid7% for the MSD.
all discrete-valued approaches for the MSD and signifigantl
outperforms the JSD baseline. V1. CONCLUSIONS

In a comparison of continuous-valued approaches, welVe hgve eva_luated measures of pairwise pred|ctab|llty_be-
observe that cross-prediction using either distadzé or tween time series for cover song identification. We consider

NMSE competes with cross-correlation for the Jazz datas@Eernative distance measures to the NCD: We propose NCDA,

In contrast, the same cross-prediction approaches signific which incorporates a method for obtaining joint representa
outperform cross-correlation for the MSD tions of time series, in addition to methods based on cross-

. ) prediction. Secondly, we attend to the issue of represgntin
Examining continuous-valued approaches further, for boff,e series: We propose continuous-valued prediction as a

Jazz dataset and MSD, we observe a significant disadvantgge, o of determining pairwise similarity, where we estémat
in using our conditional self-prediction based estimat®lilid, .,y nressibility as a statistic of the prediction error. Viéac
over cross-prediction based distances and NMSE. The oot methods requiring feature quantisation, againshoust
relatively poor performance of NID for the MSD suggest§jrectly applicable to continuous-valued features.
a limitation of our prediction approa_lch _when used with Firstly, the proposed continuous-valued approach outper-
MSD chroma features. However, considering results for boffng discrete-valued approaches and competes with dedlua
datasets suggests that cross-prediction yields more fab®i cqntinuous baseline approaches. Secondly, we draw attenti
results than conditional self-prediction generally. to using cross-prediction as an alternative approach to the
To facilitate further comparison, we consider the appreachNCD, where we observe superior results in both discrete and
proposed by Bertin-Mahieux and Ellis_[43], Khadkevich andontinuous cases for Jazz cover song identification, and for
Omologo [57], who report MAP scores of 0.0295, 0.0371he continuous case for cover song identification using the
respectively. Based on such a comparison, we obtain sfateddillion Song Dataset. Thirdly, using NCDA, we are able to
the-art results. Note that the stated approaches do nottrepoitigate differences in performance between evaluates etis
any distance normalisation procedure as described inddectcompression algorithms. We view the previous three points
IV-D] we found that normalisation improves our results: Foas evidence that using information-based measures ofasimil
the Jazz dataset and using unnormalised distances, waobitgj a continuous-valued representation may be prefertable
MAP scores0.425, 0.314, 0.332 for NMSE, D*, NID, re- discrete-valued chroma representations, owing to thderigs
spectively. For the MSD and using unnormalised distance, obtaining discrete-valued representations. FurtheZDN
we obtain MAP score$.0340, 0.0174, 0.0216, for NMSE, may vyield suboptimal performance compared to alternative
D*, NID, respectively. distance measures.
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Dataset Jazz MSD
Method NCDA NCD NCDA NCD
PPM 0.220+ 0.021  0.249+ 0.021 | 0.0460+ 0.0024 0.0487 0.0025
BW 0.143+ 0.016 0.220+ 0.019 | 0.0428+ 0.0023  0.0480t 0.0024
LZ 0.196+ 0.019 0.168+ 0.017 | 0.0457+ 0.0024 0.0438t 0.0023
PPM; D* 0.329+ 0.022 0.04284+ 0.0022
LZ; D% 0.288+ 0.021 0.0415+ 0.0022
JSD 0.289+ 0.022 0.04124 0.0023
D* (continuous) 0.454+ 0.024 0.0498+ 0.0025
NID (continuous) 0.346+ 0.023 0.03034+ 0.0020
NMSE (continuous) 0.4594+ 0.023 0.0499+ 0.0025
Ellis and Poliner[[41] 0.465+ 0.024 0.0404+ 0.0023
Random 0.026+ 0.004 0.0006+ 0.0001
D* & NMSE (cont.) 0.496 0.05164 0.0025
D* & NID & NMSE (cont.) 0.432 0.0463+ 0.0024
TABLE Il

SUMMARY OF MEAN AVERAGE PRECISION SCORESFIRST THREE ROWS DENOTE COMPRESSION BASED APPROACHHSITERVALS ARE STANDARD
ERRORS ‘RANDOM’ DENOTES SAMPLING PAIRWISE DISTANCES FROM A NORMAL DISTRIBUION.

PPM; NCDA
PPM; NCD

BW; NCDA

BW; NCD

LZ; NCDA

LZ; NCD

PPM; D*

LZ; D"

JSD

D*; (continuous)
NID (continuous)
NMSE (continuous)
Cross-correlation
Random

NMSE
D* NMSE

D* NMSE NID

Fig. 4. Mean ranks of average precision scores obtained i8iedman test.
Error bars indicate 95% confidence intervals obtained u3inkey’s range
test [78]. Higher mean ranks indicate higher performanasuRs displayed
for Jazz and MSD datasets in subfigures (a) and (b), respbgtwith results
for combined distances displayed in subfigures (c) and (d).

Dataset Jazz MSD

r 5 10 20 5 10 20
DX 0.185 0.113 0.065 0.0276 0.0146 0.0077
NID 0.133 0.075 0.045 0.0147 0.0082 0.0044
NMSE 0.193 0.116 0.067| 0.0270 0.0141 0.0075
D* & NMSE 0.213 0.123 0.070 0.0288 0.0150 0.0079
D> &NID & NMSE | 0.168 0.101 0.063 0.0265 0.0146 0.0076

TABLE IV

MEAN PRECISION AT RANKT, FOR APPROACHES BASED ON CONTINUOUSALUED PREDICTION.

s ]
Mean rank of average precision Mean rank of average precision o 046 D & NMSE
— — — D*&NMSE &NID
=

5 6 7 8 9 10 68 7 72 74 76 7.8 0.44 N NMSE
i L 1L o] 042l — — = = — ~ '
- —— 1 F = — 0.4
B = 1r - 7 0 0.5 1
- —— 1 F = B g
o —+— 1 r = B
3 —— 1r H R (a) Jazz
- —— 4 F = —
| e 1L - i 0.06
B — 1T = 7 0.055
- —— A F = o
L f—— JF — 4 a 005[ T D”* & NMSE
- T T s — — — D'&NMSE&NID
- —— - . 0045} — — — — — -~ NMSE

~

1 1 1 | ﬁ_'_\‘ 1 1 1 1 i 0.04 \

(a) Jazz (b) MSD 0 Py 1
Mean rank of average precision Mean rank of average precision B

19 21 23 195 2 205 (b) MSD

T T T T T T
Fig. 5. Mean average precision for combinations of distanteresponse to
B 7 B - 7 parameter3. Results displayed for Jazz dataset and MSD in subfigures (a)
and (b), respectively.
o —— o = B
o —t— - o = -
— — We argue that due to the ubiquity of time series similarity
(c) Jazz (d) MSD

problems, our results are relevant to application domains
extending beyond the scope of this work. Finally, in the
context of cover song identification, we have demonstrated
state-of-the-art performance using a large-scale datdget
have shown that our distances based on continuous-valued
prediction may be combined to improve performance relative
to the baseline.

For future work, we aim to evaluate alternative time series
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models to those presently considered. To this end, furties
investigations might involve causal state space recoctibru

[80] or recurrent neural networks such as the long short tetf!
memory architecture [81]. For future work, we aim to evaduat

ensemble techniques for combining distances in greataﬁdet[26]
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