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Abstract—Radar systems typically employ well-designed deter-
ministic signals for target sensing, while integrated sensing and
communications (ISAC) systems have to adopt random signals
to convey useful information. This paper analyzes the sensing
and ISAC performance relying on random signaling in a multi-
antenna system. Towards this end, we define a new sensing
performance metric, namely, ergodic linear minimum mean
square error (ELMMSE), which characterizes the estimation
error averaged over random ISAC signals. Then, we investigate
a data-dependent precoding (DDP) scheme to minimize the
ELMMSE in sensing-only scenarios, which attains the optimized
performance at the cost of high implementation overhead. To
reduce the cost, we present an alternative data-independent
precoding (DIP) scheme by stochastic gradient projection (SGP).
Moreover, we shed light on the optimal structures of both sensing-
only DDP and DIP precoders. As a further step, we extend the
proposed DDP and DIP approaches to ISAC scenarios, which
are solved via a tailored penalty-based alternating optimization
algorithm. Our numerical results demonstrate that the proposed
DDP and DIP methods achieve substantial performance gains
over conventional ISAC signaling schemes that treat the signal
sample covariance matrix as deterministic, which proves that
random ISAC signals deserve dedicated precoding designs.

Index Terms—Deterministic-random tradeoff, Gaussian signal-
ing, integrated sensing and communications (ISAC), precoding.

I. INTRODUCTION

THE sixth generation (6G) of wireless networks has been
envisioned as a key enabler for numerous emerging appli-

cations, including autonomous driving, smart manufacturing,
digital twin, and low-altitude economy [2], [3], among which
wireless sensing is anticipated to play a vital role on top of
conventional wireless communication functionalities, giving
rise to the Integrated Sensing and Communications (ISAC)
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technology [4], [5]. Indeed, the International Telecommunica-
tion Union (ITU) has recently approved the global 6G vision,
where ISAC was recognized as one of the six key usage
scenarios for 6G [6].

The basic rationale of 6G ISAC is to deploy ubiquitous
wireless sensing capability over 6G network infrastructures,
through the shared use of wireless resources (time, frequency,
beam, and power) and the hardware platform [7]–[9]. Provably,
ISAC systems may achieve performance gain over individual
sensing and communication (S&C) systems in terms of the
resource efficiency, and may potentially reap extra mutual ben-
efits via sensing-assisted communication and communication-
assisted sensing [10]–[13]. To realize these promises, however,
novel ISAC signaling strategies capable of simultaneously ac-
complishing both tasks are indispensable, which are at the core
of the practical implementation of 6G ISAC systems [14], [15].
In a nutshell, the signal design methodologies for ISAC can
be generally categorized as sensing-centric, communication-
centric, and joint designs [16]. While the first two approaches
aim to conceive an ISAC waveform on the basis of existing
sensing or communication signals, e.g., chirp signals for radar
or orthogonal frequency division multiplexing (OFDM) signals
for communications [17], [18], the joint design builds an ISAC
signal from the ground-up through precoding techniques, in
the hope of attaining a scalable performance tradeoff between
S&C [19]–[22]. Pioneered by [21], [22], joint ISAC precoding
designs are typically formulated into nonlinear optimization
problems, where ISAC precoders are conceived by optimiz-
ing a communication/sensing performance metric subject to
sensing/communication quality-of-service (QoS) constraints.
Typical figures-of-merit include achievable rate, symbol error
rate (SER), Cramér-Rao bound (CRB), singal-to-interference-
plus-noise ratio (SINR), etc [23]–[25].

Currently, the ISAC design based on 5G New Radio (NR)
primarily exploits physical layer reference signals to realize
sensing [26]. In a typical NR frame structure, the reference sig-
nals account for only about 10% of the resources in the time-
frequency domain [27]. In view of this, it is necessary to reuse
the 90% of time-frequency resources occupied by random
communication data signals to realize sensing, thus improving
both sensing performance and resource efficiency. Towards
that end, ISAC signals must be random due to the shared
use of data signals for S&C. More precisely, ISAC signals
are supposed to be randomly realized from certain codebooks,
such as Gaussian codebook or discrete Quadrature Amplitude
Modulation (QAM)/Phase-Shift Keying Modulation (PSK)
alphabets [28]. To maximize the achievable communication
rate, the information-bearing signals are required to be “as
random as possible” [15], [29]. As an example, Gaussian
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signals that achieve the capacity of Gaussian channels possess
the maximum degree of randomness, in the sense that it has
the maximum entropy under an average power constraint [30].
In contrast to that, radar sensing systems usually prefer deter-
ministic signals having favorable ambiguity properties, e.g.,
phase-coded sequences with low range sidelobes [31], [32], in
which case the randomness of the ISAC signal may potentially
degrade the sensing performance. This contradictory conflict
between S&C is consistent with both the engineers’ experience
and S&C signal processing theory, leading to the fundamental
Deterministic-Random Tradeoff (DRT) in ISAC systems [15],
[29]. Recently, the DRT has been theoretically depicted in
Gaussian channels [15], by analyzing the Pareto frontier
between the sensing CRB and achievable communication rate
in a point-to-point ISAC system. More relevant to this work,
it has been shown that signal randomness may significantly
degrade the favorable ambiguity properties of OFDM ISAC
systems [33].

Although existing schemes are well-designed by sophisti-
cated methods, most of them overlook the random nature of
ISAC signals. For instance, many previous studies treat the
sample covariance matrix of ISAC signals as deterministic
[22], [34], [35], i.e., as equivalent to the statistical covariance
matrix, under the assumption that the data frame is sufficiently
long. In such a case, one may concentrate solely on design-
ing the ISAC precoder without the need of accounting for
the impact brought by the random data. However, such an
approximation may not be reliable in practical time-sensitive
ISAC scenarios, particularly for ISAC base stations (BSs)
equipped with massive antennas. The reason is that the sample
covariance matrix converges to its statistical counterpart only
when the frame length is much larger than the array size,
as will be shown in Sec. II. This imposes unaffordably huge
computational and signal processing overheads for sensing.
More severely, unlike conventional radar systems, the state-of-
the-art BS may be unable to accumulate massive raw sensory
data due to its limited caching capabilities. Consequently, the
ISAC BS has to perform sensing by leveraging short-frame ob-
servations, where the law of large numbers no longer holds and
the data randomness cannot be eliminated. To ensure reliable
sensing performance, one has to conceive dedicated precoders
to account for the signal randomness, which motivates the
study of this paper.

To address the unique challenge arising in ISAC systems
due to random signaling, this paper investigates the dedicated
precoding designs while considering sensing with random
signals in multi-antenna ISAC systems, where the transmitter
aims at estimating the target impulse response (TIR) matrix
while communicating with users by emitting information-
bearing Gaussian signals. Against this background, we sum-
marize the contributions of our work as follows:

• We commence by revisiting the conventional linear min-
imum mean squared error (LMMSE) estimation through
deterministic orthogonal training signals. Then, we define
a new metric, namely, ergodic LMMSE (ELMMSE) for
sensing with random signals, which is the estimation
error averaged over random signal realizations. Moreover,
we reveal that the deterministic LMMSE is merely a

lower bound of the ELMMSE due to Jensen’s inequality,
which characterizes the theoretical sensing performance
loss due to random signaling. It is worth noting that this
conclusion not only applies to scenarios under LMMSE
and ELMMSE but generally holds for any convex cost
functions for sensing.

• We develop novel precoding designs to minimize the
ELMMSE for sensing-only scenarios with Gaussian
codebooks, namely, data-dependent precoding (DDP) and
data-independent precoding (DIP), where the precoder
changes adaptively based on the instantaneous realization
of Gaussian data, and remains unchanged for all data
samples, respectively. We show that the sensing-only
DDP problem can be solved in closed form despite its
non-convexity and that its DIP counterpart can be solved
via the classical stochastic gradient projection (SGP) and
momentum-based SGP (MB-SGP) algorithms. To gain
more insights into the ELMMSE minimization problem,
we unveil the optimal structures of both precoders.

• We extend the DDP and DIP strategies to ISAC scenarios
by imposing a communication rate constraint, and pro-
pose a penalty-based alternating optimization (AO) ap-
proach to tackle the non-convex problems. To reduce the
complexity of solving DIP problems, we further simplify
the stochastic optimization problems by exploiting their
high signal-to-ratio (SNR) approximations.

• We provide extensive numerical results by comparing
with conventional deterministic ISAC precoding designs,
which illustrate that both DDP and DIP schemes attain
favorable sensing performance under Gaussian codebooks
while satisfying the communication requirement. This
convincingly suggests that random ISAC signals deserve
dedicated precoding designs, especially when the ISAC
BS cannot accumulate sufficient raw sensory data.

The remainder of this paper is organized as follows. Sec. II
introduces the system model of the considered ISAC system
and the corresponding performance metrics. Sec. III elaborates
on the dedicated DDP and DIP precoding designs for sensing-
only scenarios with random signaling. Sec. IV generalizes the
DDP and DIP framework to ISAC scenarios. Sec. V provides
simulation results to validate the performance of the proposed
precoders. Finally, Sec. VI concludes the paper.

II. SYSTEM MODEL

We consider a mono-static multiple-input multiple-output
(MIMO) ISAC BS with NT transmit antennas and NR receive
antennas, which is serving a communication user (CU) with
Nu receive antennas while detecting one or multiple targets.
Target sensing is implemented over a coherent processing
interval consisting of L snapshots. The sensing and commu-
nication receive signal models are expressed as

Yc = HcX +Zc, (1a)
Ys = HsX +Zs, (1b)

where Yc ∈ CNu×L denotes the received signal matrix at
the CU receiver and Ys ∈ CNR×L denotes the echoes at the
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BS sensing receiver, Hc ∈ CNu×NT represents the point-to-
point MIMO channel and Hs ∈ CNR×NT is the TIR matrix
to be estimated1, Zc ∈ CNu×L and Zs ∈ CNR×L denote the
additive noise matrix with each entry following CN (0, σ2

c ) and
CN (0, σ2

s), and X ∈ CNT×L denotes the ISAC signal matrix.
Moreover, we assume that the TIR matrix follows a wide
sense stationary random process with a statistical correlation
matrix RH = E[HH

s Hs]. Below we commence by revisiting
conventional sensing with deterministic signals, followed by
sensing and ISAC transmission with random signals.

A. Sensing with Deterministic Training Signals

Let SD ∈ CNT×L denote a deterministic training signal
satisfying (1/L)SDSH

D = INT
. The sensing signal matrix is

X = WSD, (2)

where W ∈ CNT×NT represents the precoding matrix to
be optimized. Usually, sensing systems aim to minimize
detection/estimation errors with respect to some practical
constraints (e.g., transmit power), which may be modeled as

min
W∈A

f(W ;SD), (3)

where A denotes the feasible region of the optimization
variable W . Here, f(·) denotes a (potentially non-convex)
loss function of radar sensing [21], [22], e.g., estimation error.
Given a transmit power budget P , we may constrain the
feasible region as

A ≜
{
W ∈ CNT×NT | ∥W ∥2F ≤ P

}
, (4)

in which case problem (3) becomes a deterministic optimiza-
tion problem over a convex set A.

There are several well-established algorithms for solving
problem (3), such as the successive convex approximation
(SCA) algorithm and the gradient projection algorithm [38]. In
many cases, it may be worth exploring the structure of problem
(3), which would admit a closed-form solution under specific
conditions [21], [22]. To facilitate our study, we consider
an important application example of (3) with a closed-form
solution, namely the LMMSE-optimal precoding.

Example (LMMSE-Optimal Precoding): The celebrated
LMMSE estimator of Hs is [39]

Ĥs = Ys

(
XHRHX + σ2

sNRIL
)−1

XHRH , (5)

which results in an estimation error of [39]

f(W ;SD) = tr
[(

R−1
H +

1

σ2
sNR

XXH
)−1]

(a)
= tr

[(
R−1

H +
L

σ2
sNR

WWH
)−1]

, (6)

where (a) holds due to the use of the orthogonal training
signal matrix satisfying SDSH

D = LINT
2. Accordingly, the

1The TIR matrix may take various forms under different target models.
Without loss of generality, this paper will not focus on exploiting the specific
structure of Hs. Readers are referred to [36], [37] for more details.

2Note that this assumption is not suitable in the scenarios when L < NT

due to the rank-deficient nature of the signal, e.g., in massive MIMO or
accumulation-limited scenarios.
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Fig. 1. The approximation error of (9) versus the frame length.

classical LMMSE-oriented precoding design is to solve the
deterministic optimization problem:

min
W∈A

JLMMSE ≜ tr
[(

R−1
H +

L

σ2
sNR

WWH
)−1]

, (7)

which is non-convex despite the feasible region being a convex
set. Let RH = QΛQH denote the eigenvalue decomposition
(EVD) of RH . The optimal precoding matrix is known to be
the following water-filling solution [39]:

WWF =

√
σ2
sNR

L
Q

[(
µ0INT

−Λ−1
)+] 1

2

, (8)

where (x)+ = max(x, 0) and µ0 is a constant (commonly
known as “water level”) such that ∥WWF∥2F = P .

Remark 1. By emitting the deterministic training signal
SD, one may always obtain the LMMSE-optimal precoding
matrix in (8). However, things become different for ISAC
systems, since the transmitted signal should be random to
convey useful communication information. In what follows,
we elaborate on the general precoding framework while taking
the randomness into account.

B. Sensing with Random Signals

In sharp contrast to radar systems, ISAC systems have to
employ random communication signals for sensing. In this pa-
per, we consider Gaussian signaling for ISAC systems, which
is known to achieve the capacity of point-to-point Gaussian
channels [30]. Let S = [s(1), . . . , s(L)] ∈ CNT×L denote
the transmitted random ISAC signal, where each column is
independent and identically distributed (i.i.d.) and follows the
circularly symmetric complex Gaussian (CSCG) distribution
with zero mean and covariance INT

, i.e., s(ℓ) ∼ CN (0, INT
).

It is worth noting that the following assumption is commonly
seen in the existing works [22], [34], [35],

1

L
SSH ≈ E[s(ℓ)sH(ℓ)] = INT

, ℓ = 1, 2, . . . , L, (9)

where L≫ NT is assumed such that the approximation holds.
We show the approximation error of (9) by simulation in

Fig. 1. It is observed that to achieve a negligible approximation
error, a sufficient accumulation of data samples is necessary.
For instance, to keep the approximation error below −20 dB
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for NT = 32, an accumulation of approximately 212 = 4096
samples is required. This demonstrates that the approximation
in (9) may not always be accurate in general, especially when
the BS is unable to accumulate sufficiently long frames.

To this end, one needs to take the randomness of the Gaus-
sian signals into account when designing the precoding matrix.
More severely, the sensing performance may be randomly
varying due to the random signaling. As a consequence, it may
not be appropriate to use the conventional estimation metric
(e.g., the LMMSE in Sec. II-A) relying on the instantaneous
realization of signals. To characterize the sensing performance
in this practical scenario, we define an ergodic performance
loss3, as detailed below.

Denote the random ISAC signal matrix by S and the loss
function of radar sensing by f(W ;S). The average sensing
performance is defined as ES [f(W ;S)], which can be treated
as an ergodic sensing metric, namely, a time average over
random realizations of S. In this paper, we consider an ergodic
estimation error metric accounting for the signal randomness,
namely ELMMSE, expressed as

JELMMSE = ES

{
tr
[(

R−1
H +

1

σ2
sNR

WSSHWH
)−1]}

.

(10)

Accordingly, a general optimization problem for dedicated
precoding design towards Gaussian signals is formulated as

min
W∈A

ES [f(W ;S)]. (11)

Throughout the paper, we focus on the LMMSE loss function
by letting f(W ;S) = tr[(R−1

H + 1
σ2
sNR

WSSHWH)−1].
Remark 2. Note that problem (11) is generally a stochastic

optimization problem. Accordingly, the precoding matrix de-
sign is non-trivial since the objective function of (11) contains
expectation, which is distinctly different from problem (3).
Below we elaborate on a pair of precoding schemes based on
(11), which are with different levels of complexity.

1) DDP Scheme: The ELMMSE can be minimized by
minimizing the LMMSE for each instance of S, since the
transmitter perfectly knows the data samples due to the mono-
static assumption. Therefore, W can be designed depending
on each realization of S, leading to a data-dependent pre-
coding scheme where W changes adaptively based on the
instantaneous value of S. The DDP scheme may attain the
minimum ELMMSE at a high cost of complexity in real-time
implementation in practice.

2) DIP Scheme: To reduce the implementation overhead of
DDP, an alternative scheme is to find a deterministic precoder
W that is independent of the signal realization, namely, the
data-independent precoder. A data-independent precoder can
be optimized offline by generating random training samples
based on Gaussian codebooks, which achieves a favorable
performance-complexity tradeoff.

3It is noted that another ergodic sensing performance metric has been well-
defined in [15], namely the Miller-Chang type CRB, taking the expectation
over all realizations of ISAC signals, which characterizes the estimation error
bound under random ISAC signaling.

Following the philosophy of both DDP and DIP, we will in-
troduce sensing-only precoding schemes for Gaussian signals
in Sec. III.

C. ISAC Precoding with Gaussian Signals

Recall that S is the capacity-achieving Gaussian signal ma-
trix. Therefore, the achievable communication rate (in bps/Hz)
of the point-to-point MIMO channel is 4

R(W ) = log det
(
INu

+ σ−2
c HcWWHHH

c

)
. (12)

Without loss of generality, we assume that the ISAC transmit-
ter has the perfect channel state information (CSI) of Hc, and
designate the imperfect CSI case as our future work.

We are now ready to introduce the dedicated precoding
optimization problem with random ISAC signals, which is
formulated as

min
W∈A

ES [f(W ;S)] s.t. R(W ) ≥ R0, (13)

where R0 represents the required communication rate thresh-
old. We will elaborate on dedicated DDP and DIP schemes
for ISAC precoding with Gaussian signals in Sec. IV.

III. SENSING-ONLY PRECODING WITH GAUSSIAN
SIGNALS

In this section, we investigate the performance boundaries
of sensing with random signals by exploring various precoding
methods in sensing-only scenarios. This exploration also holds
potential advantages for future ISAC deployment, implying
that certain sensing tasks could be accomplished by reusing
legacy communication signals. Furthermore, the design in-
sights offered by the proposed precoding methods in sensing-
only scenarios will be extended to ISAC scenarios, as elabo-
rated in Sec. IV. Firstly, we demonstrate the degradation in the
sensing performance due to Gaussian signals in comparison to
classical deterministic training signals, by Proposition 1 below.

Proposition 1. Gaussian signals lead to JELMMSE that is no
lower than JLMMSE based on the deterministic signals, i.e.,
the deterministic LMMSE serves as a lower bound of the
ELMMSE.

Proof : Applying Jensen’s inequality to ELMMSE immedi-
ately yields

JELMMSE

(a)

≥ tr
[(
R−1

H +
1

σ2
sNR

ES

{
WSSHWH

})−1
]

(b)
= tr

[(
R−1

H +
L

σ2
sNR

WWH
)−1

]
=JLMMSE, (14)

where (a) holds due to the convexity of f(W ;S) with respect
to WSSHWH , and (b) holds, merely by meeting either of
the following conditions:

4To attain the achievable rate, the communication codeword needs to be
sufficiently long and thus spans a large number of coherent processing inter-
vals. In this paper, the instantaneous rate is considered for the communication
performance by assuming that the communication channel is flat fading over
all intervals, while the ergodic rate is left for our future work. Moreover, the
logarithm function is with the base of 2, denoted by log(·).
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Condition 1: If the precoding matrix W is independent
to the transmit signal matrix S, the equality (b) holds if
ES [SS

H ] = LINT
.

Condition 2: If the precoding matrix W is dependent on the
transmit signal matrix S, the equality (b) still holds if S is a
deterministic orthogonal signal such that ES [SS

H ] = SSH =
LINT

.
To this end, we complete the proof. ■

Remark 3. We notice that Jensen’s inequality in (14) tends
to be tight with L going to infinity. In light of Proposition 1,
we show the asymptotic performance of random signals in Fig.
2, by utilizing water-filling precoding given in (8). It is clearly
observed that the assumption in (9) is not always reliable
especially when the frame length is small. It also justifies
the use of JELMMSE instead of JLMMSE as the performance
metric under random signaling, since minimizing JLMMSE only
minimizes a lower bound of JELMMSE instead of the exact
estimation error. This observation motivates us to present
efficient ELMMSE-oriented precoding designs.

In the subsequent subsections, we first propose a DDP
scheme aimed at minimizing JELMMSE, which achieves optimal
sensing performance through a closed-form solution but comes
at the cost of considerable computational complexity, as the
DDP problem has to be solved for every instance of S. To
reduce the complexity, we further present a DIP scheme and
propose an SGP algorithm for ELMMSE minimization, which
can be trained offline by locally generated signal samples.
Finally, we derive the asymptotic formulation of ELMMSE
in the high-SNR regime and translate the corresponding
ELMMSE-minimization problem into a deterministic opti-
mization problem.

A. DDP: A Closed-Form Solution

By the law of large numbers, the ELMMSE may be ex-
pressed as

ES [f(W ;S)] = lim
N→∞

1

N

N−1∑
n=0

f(W ;Sn), (15)

where f(W ;Sn) = tr[(R−1
H + 1

σ2
sNR

WSnS
H
n WH)−1] and

Sn denotes the n-th Gaussian data realization. Note that in
the mono-static sensing setup, each Sn is known to both the
transmitter and the sensing receiver. Consequently, the DDP
precoding matrix W can be designed as a function of S across
all data realization indices n, denoted as W (Sn)

5. Therefore,
using (15), we approximate problem (11) as:

min
{W (Sn)∈A}N

n=1

1

N

N−1∑
n=0

f(W (Sn);Sn). (16)

Hence, the precoding matrix can be successively optimized
for each given Sn across different data realizations, which
decomposes (16) into N parallel deterministic sub-problems:

min
Wn∈A

f(Wn;Sn), (17)

5We note that the proposed DDP strategy significantly differs from the
classical symbol-level precoding (SLP) exploiting the constructive interference
(CI) [25], in terms of their respective motivations, objective functions,
constraints, and design methodologies.
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Fig. 2. The frame-length-asymptotic performance of Gaussian signals is
assessed under the conditions of NT = NR = 32. The total transmit power is
fixed at 16 dBm, ensuring that the factor of impacting the sensing performance
is solely the frame length L.

where we define Wn ≜ W (Sn) for notational simplicity.
Notice that problem (17) is inherently non-convex. To seek for
the optimal solution, we first introduce below a useful lemma
on a trace inequality, followed by demonstrating a closed-form
solution with Theorem 1.

Lemma 1. Suppose A and B are K×K positive semidef-
inite Hermitian matrices. Denote their eigen-decompositions
by A = UAΣ

↓
AU

H
A and B = UBΣ

↓
BU

H
B , respec-

tively, where Σ↓
A = diag([α1, α2, . . . , αK ]) and Σ↓

B =
diag([β1, β2, . . . , βK ]), such that α1 ≥ α2 ≥ · · · ≥ αK and
β1 ≥ β2 ≥ · · · ≥ βK . Then the following trace inequality

tr
[
(A+B)−1)

]
≥ tr

[
(Σ↓

A + PΣ↓
BP )−1)

]
=

K∑
i=1

1

αi + βK−i+1

holds, and the equality holds if and only if UB = UAP , where
is a permutation matrix, expressed as

P =


0 0 · · · 1
0 · · · 1 0
...

...
...

...
1 0 · · · 0

 , (18)

and P determines the arrangement of the eigenvalues of A.
Proof : Please refer to [40, Appendix A]. ■

Theorem 1. Let Sn ≜ USn
ΣSn

V H
Sn

denote the singular
value decomposition (SVD) of Sn. The optimal solution of
problem (17) is a modified water-filling solution, expressed as

W opt
n = Q

[
(µnΘ

1
2
n −Bn)

+
] 1

2PUH
Sn
, n = 1, . . . , N, (19)

where Θn = 1
σ2
sNR

PΣSnΣ
T
Sn

P , Bn = (ΛΘn)
−1, P is a

permutation matrix given by (18), and µn is a constant selected
to satisfy the transmit power constraint ∥W opt

n ∥2F = P .
Proof : In light of Lemma 1, it holds immediately that

f(Wn;Sn) attains its minimum if and only if 1) R−1
H +

(1/σ2
sNR)WSnS

H
n WH is diagonal, 2) the eigenvalues of

R−1
H are sorted in a decreasing order, and 3) the eigenval-

ues of (1/σ2
sNR)WSnS

H
n WH are sorted in an increasing



6

order. To this end, let R−1
H = Q(Λ↑)−1QH , where Λ↑ =

diag([λ1, λ2, . . . , λNT
]) and λ1 ≤ λ2 ≤ · · · ≤ λNT

. We use
Sn ≜ USnΣSnV

H
Sn

to denote the SVD of Sn. By constructing
W opt

n = QΛWn
PUH

Sn
where ΛWn

is a diagonal matrix to
be optimized. The detailed derivations are analogous to that
of [40, Sec. III-A] and thus omitted here for brevity, thereby
completing the proof. ■

By solving a sequence of parallel sub-problems (17) with
closed-form solutions, we formulate a set of DDP matrices
tailored for each Sn, expressed by

W = {W opt
1 ,W opt

2 , . . . ,W opt
N }. (20)

Accordingly, the ELMMSE under the DDP scheme may be
calculated as

JDDP
ELMMSE = lim

N→∞

1

N

N−1∑
n=0

f(W opt
n ;Sn). (21)

Remark 4. The DDP approach attains the minimum
ELMMSE of problem (16). Nevertheless, the design of W
must be conducted sequentially for various realizations of
transmitted Gaussian signals, leading to substantially large
computational complexity in practical scenarios. This moti-
vates us to design a DIP precoder that remains unchanged for
all data realizations, as detailed below.

B. DIP: An SGP-Based Precoding Method

To conceive a data-independent precoder, we resort to the
stochastic gradient descent (SGD) algorithm, which yields
a solution with only one or mini-batch samples at each
iteration, reducing computational complexity. We first derive
the gradient of f(W ;S) at given point W ′, expressed as

∇f(W ′;S) = − 1

σ2
sNR

∆−2W ′SSH , (22)

where ∆ = R−1
H + (1/σ2

sNR)W
′SSH(W ′)H . Given the r-

th iteration point W (r), the precoding matrix W is updated
by

W (r+1) ←W (r) − η(r)∇̂f(W (r)), (23)

where η(r) denotes the step size (also termed as “learning
rate”) and ∇̂f(W (r)) is the gradient based on the locally
generated mini-batch of Gaussian samples D(r), given by

∇̂f(W (r)) =
1

|D(r)|
∑

S∈D(r)

∇f(W (r);S). (24)

Generally, as long as the iterations remain stable, employing
a large constant step size η(r) facilitates rapid convergence,
but only to a large neighborhood of the optimal solution.
To increase the accuracy, it becomes necessary to decrease
the step size η(r). Indeed, the convergence of the SGD
algorithm critically hinges on the positive step size η(r). For
non-convex problems, the most popular step size policy in
practice is the decaying step size [41], where the sufficient
conditions of convergence guarantee are that {η(r)}∞r=1 is
a deterministic sequence of non-negative numbers satisfying∑∞

r=1 η
(r) = ∞ ,

∑∞
r=1(η

(r))2 < ∞ [42]. In this paper, we

Algorithm 1 SGP Algorithm for Solving (11).
Input: RH , P,N, σ

2
s , NT , NR, rmax, ϵ.

Output: WSGP.
1: Initialize r = 1 and W (1).
2: Initialize the Gaussian signal set S = {S1,S2, . . . ,SN}.
3: repeat
4: Generate D(r) and calculate ∇̂f(W (r),S(r)).
5: Update W (r+1) ← ProjA

(
W (r) − η(r)∇̂f(W (r))

)
.

6: Update r = r + 1.
7: until the increase of the objective value is below ϵ or
r = rmax.

opt for η(r) = a/(b+ r), where a and b are constants chosen
to facilitate the convergence. Additionally, a larger |D(r)| may
potentially improve the performance at the cost of computing
a greater number of local gradients.

To maintain compliance with the transmit power budget,
we propose to utilize the SGP algorithm, which projects the
solution W (r+1) onto the feasible region A after completing
a SGD iteration. The projection operator is

ProjA(W ) =

{
W , if W ∈ A,
W

√
P

∥W ∥2
F
, otherwise.

(25)

Building upon the iteration outlined in (23) and the projection
step detailed in (25), we are now ready to introduce the
proposed SGP approach for solving problem (11) in Algo-
rithm 1. Let WSGP denote the output of Algorithm 1. The
corresponding ELMMSE under the DIP scheme is

JDIP
ELMMSE = lim

N→∞

1

N

N−1∑
n=0

f(WSGP;Sn). (26)

Moreover, it is known that the popular adaptive moment
estimation (Adam) method may help accelerate the con-
vergence of non-convex optimization problems [42]–[44].
Specifically, Adam estimates the first moment (i.e., the mean
∇̂f(W (r))) and the second moment (i.e., the uncentered
variance ∇̂f(W (r)) ⊙ ∇̂f(W (r)) with “⊙” being element-
wise multiplication operator) of the gradients by comput-
ing the moving averages of the gradients and their squared
counterparts, respectively. Then, it utilizes these estimates
as momentum to tune the learning rates for each param-
eter, enabling adaptive adjustments in the parameter space
based on the historical performance of gradients and thus
accelerating convergence speed [44]. However, the classical
Adam algorithm mentioned above is only applicable to real-
valued optimization problems, since the uncentered variance
∇̂f(W (r)) ⊙ ∇̂f(W (r)) in complex-variable contexts is not
equal to its counterpart with real variables. Therefore, the
Adam cannot be harnessed directly into complex-variable
situations in our considered ELMMSE minimization problems.

To tackle the above struggling issues, we have established a
novel momentum-based SGP (MB-SGP) algorithm, which is
a general extension concerning complex-variable optimization
problems based on the popular Adam method that works
mostly for real-variable optimization problems [43]. Motivated
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Algorithm 2 MB-SGP Algorithm for Solving (11).
Input: RH , P,N, σ

2
s , NT , NR, rmax, ϵ, β1, β2, ε0.

Output: WMB−SGP.
1: Initialize r = 1, M (1) = 0, v(1) = 0, and W (1).
2: Initialize the Gaussian signal set S = {S1,S2, . . . ,SN}.
3: repeat
4: Generate D(r) and calculate ∇̂f(W (r),S(r)).
5: Update M (r+1) = β1M

(r) + (1− β1)∇̂f(W (r)).
6: Update v(r+1) = β2v

(r) + (1− β2)∥∇̂f(W (r))∥2F .
7: Update M̂ (r+1) = 1/(1− βr

1)M
(r+1)

8: Update v̂(r+1) = 1/(1− βr
2)v

(r+1).
9: Update W (r+1) by (27).

10: Update r = r + 1.
11: until the increase of the objective value is below ϵ or

r = rmax.

by [44], we propose to keep the momentum terms while
slightly modifying the Adam for complex gradients. The key
idea here is to leverage ∥∇̂f(W (r))∥2F to update the second
moment of the gradients, which can be treated as the summed
uncentered variance of all elements of the complex gradients.
To this end, the proposed MB-SGP iteration format reads

W (r+1) ← ProjA

(
W (r) − η(r)√

v̂(r+1) + ε0
M̂ (r+1)

)
, (27)

where ε0 denotes a small value to avoid infinity and

M̂ (r+1) =
1

1− βr
1

M (r+1), v̂(r+1) =
1

1− βr
2

v(r+1),

M (r+1) = β1M
(r) + (1− β1)∇̂f(W (r)),

v(r+1) = β2v
(r) + (1− β2)∥∇̂f(W (r))∥2F .

Here, m̂(r+1) and v̂(r+1) represent the “normalized” first- and
second-moment gradient information by hyperparameters β1
and β2, respectively. For clarity, we summarize the MB-SGP
algorithm in Algorithm 2. We will illustrate the superiority of
the proposed MB-SGP over the SGP algorithm in Sec. V.

We now analyze the complexity of Algorithm 1 and Al-
gorithm 2. Let I1 denote the iteration number to reach
convergence. At r-th iteration, the SGP algorithm needs to
compute the stochastic gradient of W ∈ CNT×NT with a
given batch size |D(r)| = D by (22) and (24). The highest
cost of the gradient calculation is the inverse operation with a
complexity of O(N3

T ) in (22), and it results in the complexity
at the order O(DN3

T ) in (24). Moreover, there is a projection
operation with a complexity of N2

t by (25). Thus, it requires
a complexity of O

(
I1(DN3

T + N2
T )

)
in Algorithm 1. As

for the MB-SGP algorithm, it requires an additional step
to update the second-moment information of the gradients
with a complexity of O(N2

T ), resulting in total complexity
of O

(
I1(DN3

T + 2N2
T )

)
.

C. DIP in the High-SNR Regime

To gain more insights into the structure of WSGP, we
derive an asymptotic formulation of the objective function

30 35 40 45 50
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-5

10
-4

10
-3

10
-2

30 35 40 45 50

10
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-3

10
-2

L = 34, 37, 40L = 18, 20, 22

Fig. 3. Normalized ELMMSE and its asymptotic formulation (28) versus
transmit SNR.

ES [f(W ;S)] in the high-SNR regime, which is detailed by
Lemma 2 below.

Lemma 2. Let L > NT . In the high-SNR regime, namely
when P/(σ2

sNR) is sufficiently large, a valid asymptotic
formulation of ES [f(W ;S)] is expressed by

ES [f(W ;S)] ≈ f̃(Ω) = κ1tr(Ω
−1)− κ2tr(Λ−1Π−2)

− κ3tr(Ω−1)tr(Λ−1Π−1), (28)

where Ω = WWH , Π = QΩQH , with Q containing the
eigenvectors of RH , and κ1 = σ2

sNR/(L−NT ), κ2 = κ21 and
κ3 = κ21/(L−NT ) are three constants.

Proof : Please refer to Appendix A. ■

As shown in Fig. 3, we demonstrate the effectiveness of the
asymptotic formulation in (28). It is observed that in the high-
SNR regime, the asymptotic formulation of ES [f(W ;S)] fits
its theoretical value very well. In what follows, we elaborate
on how to leverage the asymptotic formulation to simplify the
precoding design for random ISAC signals. Towards that end,
we first recast problem (11) as

min
Ω

f̃(Ω) s.t. tr(Ω) ≤ P, Ω ⪰ 0. (29)

While problem (29) is non-convex, its optimal solution has an
eigenvalue decomposition structure given in Theorem 2. To
show this, let us first introduce a useful lemma below.

Lemma 3. Suppose A and B are K×K positive semidef-
inite Hermitian matrices. Denote their eigen-decompositions
by A = UAΣ

↓
AU

H
A and B = UBΣ

↓
BU

H
B , respectively, where

Σ↓
A = diag([α1, α2, . . . , αK ]), Σ↓

B = diag([β1, β2, . . . , βK ]),
α1 ≥ α2 ≥ · · · ≥ αK and β1 ≥ β2 ≥ · · · ≥ βK . Then
tr(AB) ≤

∑K
k=1 αkβk and the upper bound is attained if

and only if UA = UB .
Proof : Please refer to [45, H.1.g.]. ■

Theorem 2. The optimal solution of problem (29) is

Ωopt = QHΨ↑Q, (30)

where Ψ↑ = diag([ψ1, ψ2, . . . , ψNT
]) denotes the eigenvalue

matrix of Ωopt and diag(·) denotes the diagonal matrix
operator. Here, the diagonal elements of Ψ↑ are sorted in an
increasing order, i.e., ψ1 ≤ ψ2 ≤ · · · ≤ ψNT

.
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Proof : Please refer to Appendix B. ■

Theorem 2 suggests that, to minimize the ELMMSE, the
optimal DIP precoder should align to the eigenspace of RH

in the high-SNR regime. This further simplifies the ELMMSE
minimization problem as we only need to numerically compute
the eigenvalues in Ψ , which is equivalent to allocating the
transmit power within the eigenspace of RH . For notational
convenience, we represent the optimization variables by the
vector p = [p1, p2, . . . , pNT

]T ∈ RNT×1 with each element
satisfying

pℓ = 1/ψNT+1−ℓ, ℓ = 1, 2, . . . , NT . (31)

Based on Theorem 2, we recast problem (29) as

min
p

g(p) ≜ κ1

NT∑
ℓ=1

pℓ − κ2
NT∑
ℓ=1

λℓp
2
ℓ − κ3

NT∑
ℓ=1

pℓ

NT∑
ℓ=1

λℓpℓ

s.t.

NT∑
ℓ=1

1

pℓ
≤ P, pℓ ≥ 0, ℓ = 1, 2, . . . , NT . (32)

Let us denote the feasible region of problem (32) by Q,
which is convex in general. Nevertheless, problem (32) is still
non-convex since the objective function g(p) is non-convex.
We therefore resort to the SCA algorithm to attain a local
minimum [35]. Let us first approximate g(p) by using its
first-order Taylor expansion at a given feasible point p′ ∈ Q,
expressed as

g(p) ≈ g(p′) + ⟨∇g(p′),p− p′⟩, (33)

where ⟨a, b⟩ represents the inner product of a and b, and
∇g(·) stands for the gradient of g(·) with its n-th entry
expressed as

[∇g(p)]n = κ1 − 2κ2λnpn

− κ3
( NT∑

ℓ=1

λℓpℓ + λn

NT∑
ℓ=1

pℓ

)
, n = 1, 2, . . . , NT . (34)

At the j-th iteration of the SCA algorithm, we solve the
following convex optimization problem

min
p

g(p) ≜ ⟨∇g(p′),p− p′⟩ s.t. p ∈ Q (35)

to obtain a solution p′ ∈ Q. Note that g(p′) ≤ 0, since
g(p(j)) = 0. This indicates that p′ − p(j) yields a descent
direction for the (j+1)-th iteration. Therefore, one may update
the (j +1)-th iteration by moving along the descent direction
with a certain stepsize δ(j), which is

p(j+1) = p(j) + δ(j)(p′ − p(j)), δ(j) ∈ [0, 1], (36)

where δ(j) ∈ [0, 1] ensures p(j+1) ∈ Q since both p(j) and p′

belong to the convex set Q. We summarize the above data-
independent SCA algorithm for solving problem (32) in Algo-
rithm 3. By iterating p along the descent direction, the above
analysis indicates that the objective value of problem (34) is
non-increasing after each iteration of Algorithm 3. Moreover,
the objective value of problem (34) is lower bounded by a
finite value due to the limited power budget. Therefore, the
proposed SCA algorithm is guaranteed to converge. Denote

Algorithm 3 SCA Algorithm for Solving Problem (32).

Input: P,NT , NR, σ
2
s , L, {κℓ}3ℓ=1, {λℓ}

NT

ℓ=1, jmax, τ < 0.
Output: p⋆.

1: Initialize j = 1 and p(1) by equal-power allocation.
2: repeat
3: Solve the convex problem (35) to obatin p′ ∈ Q .
4: Update p(j+1) = p(j)+δ(j)(p′−p(j)), where δ(j) can

be computed by the exact line search.
5: Update j = j + 1.
6: until g(p) ≥ τ or j = jmax.

the output of Algorithm 3 by p⋆. We may then construct a
solution Ω⋆ using (31) and Theorem 2.

Now we analyze the complexity of Algorithm 3. It requires
a complexity O(N3

T (2NT )
0.5) at each iteration [38]. There-

fore, the proposed SCA algorithm requires a complexity of
O(I2N3.5

T ), with I2 being the maximum allowable number of
iterations.

IV. ISAC PRECODING WITH GAUSSIAN SIGNALS

In this section, we focus on the ISAC precoding design
to minimize the ELMMSE while satisfying communication
performance requirements, which is formulated as the opti-
mization problem (13). We notice that problem (13) presents
a challenging stochastic optimization problem due to the
expectation in the objective function as well as the non-convex
feasible region. Inspired by the sensing-only precoding design
discussed in Sec. III, we first introduce a DDP design for ISAC
transmission, which may be solved via a specifically tailored
penalty-based AO algorithm. Subsequently, we elaborate on its
DIP counterpart, and develop an SGP-AO algorithm to solve
the optimization problem. Finally, we leverage the asymptotic
formulation of the objective function in the high-SNR regime
to further simplify the DIP design.

A. DDP for ISAC: A Penalty-Based AO Method

Given a realization Sn, the DDP matrix Wn is treated as
a function of Sn. This may introduce additional uncertainty
(and thereby extra communication degrees of freedom) for data
transmission, in which case the rate achieved in (12) may no
longer be valid since WnSn is non-Gaussian. Therefore, the
non-Gaussian WnSn results in the absence of closed-form
expression of the channel capacity, which makes it challenging
to characterize the communication performance in such a case.
Fortunately, the following Proposition 2 indicates that the rate
(12) is still achievable despite that it may not characterize the
communication capacity.

Proposition 2. Suppose that the precoding matrix W is
dependent on the realization of S. Then it holds that

EW

[
log det

(
INu

+ σ−2
c HcWWHHH

c

)]
≤ C,

where C ≜ max I(Yc;WS|Hc) is the capacity of the com-
munication channel under Gaussian signaling and the formula
in the left-hand side is achievable.
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Proof: Please refer to Appendix C. ■

Following Proposition 2 and by recalling Wn ≜ W (Sn),
one may observe that if

R(Wn) ≜ log det
(
INu + σ−2

c HcWnW
H
n HH

c

)
≥ R0,∀n,

then

C ≥ EW

[
log det

(
INu

+ σ−2
c HcWWHHH

c

)]
= lim

N→∞

1

N

N−1∑
n=0

R(Wn) ≥ R0.

Accordingly, we restrict the constraint as R(Wn) ≥ R0 for
all n = 1, 2, . . . , N , to facilitate the decomposition of the
achievable rate constraint. In line with the sensing-only DDP
design presented in Sec. III, the ISAC DDP design aims to
solve the following N parallel sub-problems:

min
Wn∈A

f(Wn;Sn) s.t. R(Wn) ≥ R0. (37)

Again, problem (37) is non-convex and is thus difficult to
solve directly. We first introduce an auxiliary variable Ωn =
WnW

H
n . Then the rate constraint is recast as R̃(Ωn) ≜

log det
(
INu

+ σ−2
c HcΩnH

H
c

)
≥ R0. Therefore, each sub-

problem (37) may be re-expressed as

min
Wn∈A,Ωn

f(Wn;Sn)

s.t. R̃(Ωn) ≥ R0, Ωn = WnW
H
n . (38)

To proceed, we propose penalizing the equality constraint
Ωn = WnW

H
n into the objective function, yielding

min
Wn∈A,Ωn

f(Wn;Sn) +
ρ

2
∥Ωn −WnW

H
n ∥2F

s.t. R̃(Ωn) ≥ R0, (39)

where ρ > 0 is the penalty parameter. Notice that this problem
is convex with respect to the auxiliary variable Ωn but non-
convex on the precoding matrix Wn. We thus propose to solve
the problem by the AO algorithm, as detailed below.

Specifically, with given W
(t)
n at the t-th iteration, we solve

the following optimization subproblem:

min
Ωn

ρ

2
∥Ωn −W (t)

n (W (t)
n )H∥2F s.t. R̃(Ωn) ≥ R0. (40)

Observe that this problem is convex, which can be solved by
off-the-shelf numerical toolbox such as CVX [38]. Denote the
solution by Ω

(t)
n at the t-th iteration. To update Wn, we need

to solve the following constrained non-convex subproblem:

min
Wn∈A

h(Wn) ≜ f(Wn;Sn) +
ρ

2
∥Ω(t)

n −WnW
H
n ∥2F . (41)

Despite the non-convex objective function, the feasible region
of (41) is convex, which admits a computable projection step
to ensure feasibility. To proceed with the gradient projection
algorithm, let us first compute the gradient of h(Wn) as

∇h(Wn) = ∇f(Wn;Sn) + ρ
(
WnW

H
n −Ω(t)

n

)
Wn, (42)

in which ∇f(Wn;Sn) is calculated by (22). Therefore, we
can update the precoding matrix by

W (t+1)
n ← ProjA

(
W (t)

n − ν(t)∇h(W (t)
n )

)
, (43)

Algorithm 4 Penalty-Based AO Algorithm for Solving (37).
Input: RH ,Hc, R0, P,NT , NR, σ

2
s , σ

2
c , L, tmax, τ0, ξ0.

Output: W ⋆
n = W

(t)
n , n = 1, 2, . . . , N .

1: Initialize the Gaussian signal set S = {S1,S2, . . . ,SN}.
2: Initialize t = 1 and W

(1)
n by water-filling on Hc.

3: repeat
4: Solve the problem (40) to obtain Ω

(t)
n by CVX.

5: Update the precoding matrix W
(t)
n by (43).

6: Update t = t+ 1.
7: until the decrease of the objective value is below τ0 and
ξ ≤ ξ0, or t = tmax.

where ν(t) denotes the step size.
Now we are ready to present the penalty-based AO algo-

rithm for the DDP design in ISAC scenarios, as detailed in Al-
gorithm 4. By iteratively updating the variables, it is observed
that the objective function in (38) remains monotonically non-
increasing from each t−th iteration to (t + 1)−th iteration.
Moreover, the objective function in (38) is bounded due to
the limited transmit power budget. With any fixed ρ, it is
observed that the achieved objective value of problem (38)
is an upper bound of that achieved by the original problem
(37). By alternatively solving the problem (40) and (41), this
upper bound can be gradually tightened. It is noted that the
penalty parameter ρ is increased in each iteration to force
the equality constraint ∥Ωn −WnW

H
n ∥2F to be ultimately

satisfied. As such, a stationary point is attained in Algorithm
4. Note that the performance of Algorithm 4 relies on the
choice of ρ since the converged solution may not satisfy the
communication performance requirement. To tackle this issue,
we examine the following violation indicator

ξ = |R(W (t)
n )−R0| ≤ ξ0, (44)

for terminating the iteration, where ξ0 is a tolerable threshold.
In general, a larger value of ρ may achieve better performance
but at the cost of more iterations. To this end, we gradually
increase the value of the penalty factor ρ and decrease the step
size ν(t) to promote convergence. Moreover, one may use the
well-known water-filling solution of rate maximization as a
good initial point.

Finally, we analyze the complexity of Algorithm 4. By solv-
ing problem (40) and (41), the complexities of updating Ωn

and Wn and are of order O(N7
T ) and O(N3

T +2N2
T ), respec-

tively. Therefore, the proposed penalty-based AO algorithm
requires a complexity at the order of O

(
I3N2

T (N
5
T +NT +2)

)
,

where I3 represents the number of iterations required.

B. DIP for ISAC: A Penalty-Based SGP-AO Method

We then apply the AO framework for the DIP design in
ISAC scenarios. Following a similar procedure above, let us
first introduce an auxiliary variable Ω = WWH , which is
the covariance matrix of transmitted signals. In such a case,
the communication channel capacity is characterized by

R̃(Ω) = log det
(
INu + σ−2

c HcΩHH
c

)
, (45)
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since W is independent of S. By penalizing Ω = WWH

into the objective function, problem (13) is recast as

min
W∈A,Ω

ES [f(W ;S)] +
ρ

2
∥Ω −WWH∥2F

s.t. R̃(Ω) ≥ R0. (46)

It is worth pointing out that problem (46) is a stochastic
version of problem (39). The key difference lies in the
utilization of ∇̂f(W ) + ρ(WWH − Ω)W in (43) as the
stochastic gradient to update W . Then W and Ω can be
updated in an alternating manner, which is referred to as the
SGP-AO algorithm. Since the main procedure of SGP-AO
closely resembles Algorithm 4, we omit further details here
for brevity.

C. DIP for ISAC in the High-SNR Regime

We observe that the main challenge of solving problem (13)
lies in the fact that the feasible region is non-convex and the
objective function ES [f(W ;S)] is in an expectation form.
Fortunately, the feasible region can be recast as a convex set
with respect to Ω = WWH , i.e.,

AΩ =
{
Ω ∈ CNT×NT | tr(Ω) ≤ P,

log det
(
INu

+ σ−2
c HcΩHH

c

)
≥ R0

}
. (47)

Inspired by the asymptotic formulation in the high-SNR
regime, we first approximate ES [f(W ;S)] by f̃(Ω) in Propo-
sition 1. Therefore, the stochastic optimization problem (13)
is recast as a deterministic optimization problem, which is
denoted by minΩ∈AΩ

f̃(Ω).
Notice that the objective function f̃(Ω) is still non-convex.

To solve this problem, we propose to harness the established
SCA framework in Algorithm 3. The key procedure is similar
to Algorithm 3 in Sec. III. Hence, for brevity, we do not
delve into the details here and only present the first-order
approximation as well as the initialization in the sequel.
Given a feasible point Ω′ ∈ AΩ , the first-order expansion
approximation of f̃(Ω) is

f̃(Ω) ≈ f̃(Ω′) + ⟨∇f̃(Ω′),Ω −Ω′⟩, (48)

where ∇f̃(·) is calculated by

∇f̃(Ω) = −κ1Ω−2 + 2κ2(Q
HΛ−1Π−3Q)

+ κ3tr(Λ
−1Π−1)Ω−2 + κ3tr(Ω

−1)QHΛ−1Π−2Q. (49)

A good initial point may be obtained by solving the convex
problem minΩ∈AΩ

tr(Ω−1).

V. SIMULATION RESULTS

In this section, we demonstrate the numerical results of the
proposed methods in both sensing-only and ISAC scenarios.
Unless otherwise specified, the transmit SNR is defined as
P/σ2

s . The simulation parameters are listed in Table I. In both
SGP and penalty-based SGP-AO methods, we set the number
of mini-batch samples as |D(r)| = 10. The eigenvalues of
RH represent the spatial channel correlation, which follow a
uniform distribution on the interval [1, 10] in the simulation.

TABLE I
PARAMETERS IN SIMULATIONS

Parameter Value Parameter Value Parameter Value
NT 32 NR 32 Nu 4
σ2
s 0 dBm σ2

s 0 dBm N 100
a 10 b 10 rmax 1000
ϵ 10−5 ξ0 0.1 τ −10−5

jmax 30 τ0 10−3 tmax 30
β1 0.6 β2 0.999 ε0 −10−8

A. Convergence Examples

First, let us examine the convergence performance of our
proposed algorithms in both sensing-only and ISAC scenarios.
As for the sensing-only scenario, we show the convergence of
our proposed SGP and MB-SGP algorithms versus different
numbers of mini-batch samples |D(r)| in Fig. 4 and Fig. 5,
with fixed L = 32 but different SNR settings. We set the
iteration step size as η(r) = 10/(10 + r) at the r-th iteration,
as recommended for ensuring the convergence [42]. Notably,
both SGP and MB-SGP algorithms can be implemented of-
fline based on the locally generated Gaussian signal samples.
Moreover, both of them exhibit a rapid convergence when
|D(r)| = 10, striking a tradeoff between complexity and
convergence when compared to |D(r)| = 1 (low complexity
but poor convergence) and |D(r)| = 100 (high complexity but
favorable convergence).

In Fig. 5, we provide a more detailed comparison of the
performance between the developed MB-SGP algorithm and
the SGP algorithm. It is observed that under different SNR
parameters, the MB-SGP algorithm requires fewer iterations
to converge compared to the SGP algorithm. Furthermore,
combining with Fig. 5(c)-5(d), it is concluded that the esti-
mation performance of the developed MB-SGP algorithm is
comparable to that of the SGP algorithm, while significantly
reducing the number of iterations and accelerating algorithm
convergence. This demonstrates the superiority of the proposed
MB-SGP algorithm over the classical SGP algorithm.

In Fig. 6, we show the convergence of our proposed SCA
algorithm for solving (32) in the high-SNR regime, where
the transmit SNR is fixed to be 32 dB and the frame length
is set as L = 40. It is shown that SCA converges quickly
within 10 iterations and the converged objective value is very
close to its initial point which is determined by equal power
allocation. This result indicates that in the high-SNR region,
the SGP-based DIP design shall allocate power equally over
the eigenspace of RH . Interestingly, this strategy aligns with
the performance of the traditional water-filling strategy in the
high-SNR regime. This provides us with an intuitive insight
that, at a high-SNR regime, both of the traditional water-filling
scheme and SGP-based DIP scheme will converge to equal-
power allocation. We will illustrate this insight in Fig. 8(c).

In Fig. 7, we show the convergence performance of our pro-
posed penalty-based SGP-AO algorithm in the ISAC scenario.
The maximum communication rate is obtained by classical
water-filling solution over the singular values of Hc. It can
be found that our proposed penalty-based SGP-AO algorithm
quickly converges within tens of iterations. Moreover, our
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Fig. 4. The convergence performance of the proposed MB-SGP algorithm and the proposed SGP algorithm versus different SNR settings.

(a) Iterations at |D(r)| = 10. (b) Iterations at |D(r)| = 100.
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Fig. 5. iteration number and normalized ELMMSE performance of using MB-SGP and SGP algorithms versus different SNR settings.
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Fig. 6. SCA algorithm in the high-SNR regime in sensing-only scenarios.

proposed algorithm not only exhibits excellent convergence
performance but also ensures compliance with penalty con-
straints and communication rate constraints under different
parameter settings.

B. Sensing-Only Precoding

In this subsection, we aim to evaluate the performance of
our proposed precoding schemes DDP and DIP in Sec. III
for sensing-only scenarios. Our benchmark technique is the
water-filling scheme proposed in [39], as given in (8).

In Fig. 8(a) and Fig. 8(b), we compare three precoding
schemes, namely, classical water-filling, DDP, and DIP under
different frame length and arry size settings. It is observed that
both the number of antennas and frame length significantly
impact the sensing performance. Notably, our proposed DDP
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Fig. 7. Penalty-based SGP-AO algorithm in ISAC scenarios.

and DIP schemes outperform the classical water-filling scheme
in both cases with L < NT and L = NT . This can be
attributed to two primary factors as follows: Firstly, when
L < NT , the rank-deficient nature of the data samples (as
shown in Fig. 8(a)) introduces an error floor in the water-filling
scheme, rendering it suboptimal even for deterministic signals.
Secondly, the classical water-filling approach overlooks the
random nature of the ISAC signals, leading to a performance
loss in terms of the ELMMSE for both L < NT and L = NT .
Moreover, it is observed that our proposed DDP scheme
maintains the best performance consistently, due to the pre-
cise knowledge of transmitted data. However, adapting data-
dependent precoding to varying data realizations necessitates
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Fig. 8. Performance comparison among different precoding schemes versus the transmit SNR in sensing-only scenarios.

0 5 10 15 20 25 30 35 40 45 50

-35

-30

-25

-20

-15

-10

-5

LMMSE (Water-Filling)

ELMMSE (MB-SGP)

Fig. 9. Performance comparison between deterministic and random signals
versus the total power budget over L frames in sensing-only scenarios.

intricate modifications, resulting in substantial complexity.
Fortunately, the DIP approach can be pre-implemented offline
using SGP, striking a favorable tradeoff between performance
and complexity.

In Fig. 8(c), we show the performance comparison by
considering the high-SNR regime. The method “HSNR Appro.
(SCA)” refers to Algorithm 3. It is easily observed that
the sensing performance achieved by random ISAC signaling
experiences a substantial improvement with increasing SNR
and frame length L. Moreover, there is a tiny sensing perfor-
mance gap between “DIP (SGP)”, “HSNR Appro. (SCA)”, and
“Water-Filling”, which is consistent with the earlier discussion
in Sec. V-A. Indeed, all of the above three precoding schemes
are independent of data realizations. They exhibit performance
close to DDP with an increasing frame length (see L = 128)
in the high-SNR regime.

In Fig. 9, we present the estimation error results for increas-
ing frame length to illustrate the deterministic-random trade-
off. The total power budget is increased over L frames, with
NT = 32. Note the sensing performance mainly depends on
the randomness of ISAC signals and the total transmit power.
Therefore, for a fixed power budget, the factor impacting
the sensing performance is solely the frame length L, which
correspons to the randomness of ISAC signals. All the curves
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Fig. 10. S&C tradeoff under different precoding schemes with NT = NR =
32, SNR = 16 dB.

related to Gaussian signals are generated using the MB-SGP
algorithm. It is observed that as the frame length increases, the
average sensing performance approaches the LMMSE perfor-
mance achieved with deterministic signals. This is because the
randomness of the signals decreases with longer frame lengths.
However, there always is a performance gap between using
deterministic and random signals, as indicated by Jensen’s
inequality. The lessons learned for practical ISAC system
design is that one should take the signal randomness into
account, especially when the ISAC-BS is unable to accumulate
sufficiently long frame length due to time-delay requirement,
as well as due to the limited computation, storage, and signal
processing capabilities.

C. ISAC Precoding

In this subsection, our aim is to show the performance
tradeoffs between S&C under different precoding schemes
proposed in Sec. IV. The benchmark technique, referred to as
“DetOpt” does not account for the impact of random signals
on the sensing performance. Instead, it is based on solving the
following deterministic optimization problem

min
W

JLMMSE s.t. R(W ) ≥ R0, tr(WWH) ≤ P. (50)
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By denoting the solution by WD, the attained ELMMSE of
“DetOpt” in our simulations is calculated by

JDetOpt
ELMMSE = lim

N→∞

1

N

N−1∑
n=0

f(WD,Sn). (51)

In Fig. 10, we show the performance tradeoff between S&C
by comparing the above benchmark “DetOpt” with a pair of
precoding schemes, namely, “DDP” and “DIP” proposed in
Sec. IV for ISAC precoding. It is observed that our proposed
DDP and DIP schemes outperform the benchmark scheme
which disregards the randomness of ISAC signals. Specifically,
our proposed “DDP” scheme exhibits superior performance,
i.e., it achieves nearly 1.5 dB improvement of the sensing
performance, while satisfying the required communication
rate. Within the same sensing performance, our proposed
“DIP” scheme acquires 3 bps/Hz and 4 bps/Hz communication
rate improvement in both cases of L = 32 = NT and
L = 24 < NT , as compared with the benchmark. Fig. 10 also
illustrates that the sensing performance deteriorates with the
increased rate requirements, as the precoding matrix has to be
optimized to meet more stringent communication performance
requirements. When the rate requirement is set as its maxi-
mum, the precoding matrix approaches the communication-
optimal water-filling solution. Consequently, our proposed
“DIP” scheme and the “DetOpt” benchmark exhibit the same
worst-case sensing performance as illustrated in Fig. 10.

In Fig. 11, we indicate the effectiveness of our proposed
SCA algorithm by leveraging the high-SNR approximation
(termed as “HSNR Appro.”). It is observed that as the
cumulative frame count increases, our proposed high-SNR
approximation-based SCA algorithm closely aligns with the
established penalty-based SGP-AO algorithm. This remarkable
result suggests that in the high-SNR regime, there is no need
to solve stochastic optimization problem (46). Instead, one
may utilize the well-established SCA algorithm commonly to
solve the asymptotic deterministic optimization problem by
leveraging the approximation (28) in Lemma 2. As mentioned
earlier, high SNR can compensate for the sensing performance
loss caused by signal randomness. In such cases, one may

24 48 72 96 120 144

-21

-20

-19

-18

-17

-16

-15

-14

-13

-12

Fig. 12. Performance comparison between our proposed DDP and DIP
schemes versus the frame length L in ISAC scenario.

also consider employing precoding schemes for deterministic
signals directly due to negligible performance loss.

Finally, we compare the performance of our proposed DDP
and DIP schemes tailored for random ISAC signals with an
increasing frame length in Fig. 12, where the transmit SNR
is set as 16 dB. It is observed that higher rate threshold
constraints result in sensing performance degradation. With
a given communication requirement, the sensing performance
is improved with increasing accumulated frames. Furthermore,
both DDP and DIP schemes asymptotically attain consistent
performance as the frame length L increases. This is because
the randomness of the ISAC signals becomes progressively
negligible as L increases. To this end, the DDP scheme
that considers the specific realization of data may no longer
significantly boost the sensing performance, which indicates
that one may utilize a data-independent precoder with low
complexity in practical ISAC systems.

VI. CONCLUSION

In this paper, we investigated dedicated precoding schemes
for random ISAC signals in a multi-antenna system. We
commenced with an investigation on sensing using random
ISAC signals and defined a new sensing metric ELMMSE to
characterize the estimation error averaged over the signal ran-
domness. We then proposed a DDP scheme for sensing-only
scenarios, which yields a closed-form solution that minimizes
the ELMMSE. To reduce the computational complexity of
DDP, we further proposed a DIP scheme by the SGP algorithm
with a favorable tradeoff between complexity and perfor-
mance. To gain more design insights, we revealed the optimal
structure of the precoding matrix in the high-SNR regime and
proposed an SCA algorithm to attain a near-optimal solution.
As a step further, we extended both DDP and DIP frameworks
into ISAC scenarios by explicitly imposing constraints on the
achievable communication rate in the context of ELMMSE
minimization problems, which were subsequently solved using
a tailored penalty-based alternating optimization algorithm.
Finally, we provided extensive simulation results to illustrate
the superiority of our proposed dedicated precoding schemes
for random ISAC signals.
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The proposed precoding methods may be applied to vari-
ous ISAC systems including mobile perceptive networks and
massive-MIMO ISAC systems. In these scenarios, sensing
receivers typically cannot accumulate sufficient frame lengths,
and the randomness of the ISAC signals cannot be ignored.
The future work directions may consider profiling other radar
sensing performance metrics under random ISAC signaling,
e.g., ergodic CRB, ambiguity function, and mutual informa-
tion. Moreover, it is necessary to extend this work into such
a scenario where the ISAC-BS has no prior knowledge of the
sensing channel matrix.

APPENDIX

A. Proof of Lemma 2

Recall that RH = QΛQH denotes the EVD of RH . Then,
we have

ES

{
tr
[(
Λ−1 +

1

σ2
sNR

QHWSSHWHQ
)−1]}

(a)
= ES

{
tr
[
Λ(I +

1

σ2
sNR

Λ
1
2QHWSSHWHQΛ

1
2 )−1

]}
(b)
= γES

{
tr
[
Λ(γI +RS)

−1
]}

(c)
= γtr

{
ΛES

[
(γI +RS)

−1
]}
, (52)

where RS = (1/P )Λ
1
2QHWSSHWHQΛ

1
2 and γ =

σ2
sNR/P . Here, (a) and (b) hold due to the property of the

matrix trace, and (c) holds due to the linear property of the
matrix trace and expectation. Furthermore, the expectation
of (γI + RS)

−1 can be approximated by the second-order
expansion of the von Neumann series, expressed as

ES

[
(γI +RS)

−1
]
≈ E

[
R−1

S

]
− γE

[
R−2

S

]
+O(γ2), (53)

which is only valid for very small γ. In a practical scenario,
one can easily implement a high transmit power P to get
small γ with given NR and σ2

s , which may achieve an
accurate approximation in a high-SNR regime. Therefore, the
asymptotic formulation of (52) is calculated by

ES [f(W ;S)] ≈ γtr
{
ΛE

[
R−1

S

]
− γΛE

[
R−2

S

]}
. (54)

We observe that R−1
S follows the complex inverse Wishart

distribution with L degrees of freedom and parameter matrix
Σ = (1/P )Λ

1
2QHWWHQΛ

1
2 . The first and second mo-

ments of the complex inverse Wishart matrix are given by
[46]

E
[
R−1

S

]
=

1

L−NT
Σ−1, (55a)

E
[
R−2

S

]
=

1

(L−NT )2
Σ−2 +

1

(L−NT )3
tr(Σ−1)Σ−1

+O
(

1

(L−NT )4

)
INT︸ ︷︷ ︸

error term

. (55b)

Note that (55) is valid when (L −NT )
4 is sufficiently large,

primarily due to the error term. Consequently, by substituting
(55) into (54) and performing some algebraic operations, we
obtain an asymptotic expression in the high-SNR regime as
shown in (28), thereby concluding the proof.

B. Proof of Theorem 2

Let R = QΩQH . Since Q is a unitary matrix, we have

f̃(Ω) = f̃1(R) + f̃2(R), (56a)
tr(Ω) = tr(R), (56b)

where f̃1(R) = κ1tr(R
−1) and f̃2(R) = −κ2tr(Λ−1R−2)−

κ3tr(R
−1)tr(Λ−1R−1). Therefore, problem (29) is recast as

min
R

f̃1(R) + f̃2(R) s.t. tr(R) ≤ P,R ⪰ 0. (57)

It is obvious that problem (57) is equivalent to (29).
Let the elements of Λ be sorted in the increasing order such

that the elements of Λ−1 are sorted in the decreasing order,
denoted by Λ−1 = diag([λ̂1, λ̂2, . . . , λ̂NT

]), λ̂1 ≥ λ̂2 ≥ · · · ≥
λ̂NT

. By applying Lemma 3, we have

tr(Λ−1R−2) ≤ tr(Λ−1R−2
opt), (58a)

tr(Λ−1R−1) ≤ tr(Λ−1R−1
opt). (58b)

Here, the equality holds if and only if R−1
opt is a diagonal matrix

with elements sorted in the decreasing order, yielding

R−1
opt = diag([p1, . . . , pNT

]), p1 ≥ · · · ≥ pNT
, (59a)

R−2
opt = diag([p21, . . . , p

2
NT

]), p21 ≥ · · · ≥ p2NT
. (59b)

Due to κ2 > 0 and κ3 > 0, the objective function of (57)
attains its lower bound, expressed by

f̃1(R) + f̃2(R) ≥ f̃1(Ropt) + f̃2(Ropt). (60)

Therefore, we can obtain the optimal solution Ωopt of problem
(57), expressed as

Ωopt = QHRoptQ ≜ QHΨ↑Q, (61)

where Ψ↑ = diag([ψ1, ψ2, . . . , ψNT
]), ψ1 ≤ ψ2 ≤ · · · ≤

ψNT
, and ψℓ = 1/pNT+1−ℓ, ℓ = 1, 2, . . . , NT , completing

the proof.

C. Proof of Proposition 2

Let us consider the Gaussian linear channel model

Yc = HcWS +Zs. (62)

The mutual information between Yc and X = WS condi-
tioned on Hc is lower-bounded by

I(Yc;WS|Hc) = I(Yc;W ,S|Hc)

(a)
= I(Yc;W |Hc) + I(Yc;S|Hc,W )

(b)

≥ I(Yc;S|Hc,W ). (63)

where (a) holds due to the chain rule for mutual information
and (b) holds due to the fact I(Yc;W |Hc) ≥ 0. Denote the
channel capacity as C and take the maximum on both sides
of (63) over all possible input distributions, yielding

C = max I(Yc;WS|Hc) ≥ max I(Yc;S|Hc,W )

(c)

≥ max I(Yc;S|Hc,W ) s.t. W ⊥⊥ S

(d)
= EW

[
log det(INu

+ σ−2
c HcWWHHH

c )
]
, (64)
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where (c) holds due to the extra constraint that W and S are
independent, denoted by W ⊥⊥ S. Moreover, (d) holds since
Hc is perfectly known at the transmitter, completing the proof.
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