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Abstract

Most of the previous approaches to Time Series Classification (TSC) highlight the significance of
receptive fields and frequencies while overlooking the time resolution. Hence, unavoidably suffered
from scalability issues as they integrated an extensive range of receptive fields into classification
models. Other methods, while having a better adaptation for large datasets, require manual design
and yet not being able to reach the optimal architecture due to the uniqueness of each dataset.
We overcome these challenges by proposing a novel multi-scale search space and a framework
for Neural architecture search (NAS), which addresses both the problem of frequency and time
resolution, discovering the suitable scale for a specific dataset. We further show that our model
can serve as a backbone to employ a powerful Transformer module with both untrained and pre-
trained weights. Our search space reaches the state-of-the-art performance on four datasets on
four different domains while introducing more than ten highly fine-tuned models for each data.

1 Introduction
Time Series data (TS) is a sequence of data points recorded or collected at successive points in time.
A time series, by nature, can be decomposed into an infinite number of frequencies, each having
its own coefficient by novel transformation methods such as Fourier transform, Wavelet transform,
etc. Within a particular dataset, each frequency can be identified as either an informative attribute
or mere noise based on its significance to the outcomes of a classification model. Consequently, in
Time Series Classification (TSC), most methods have developed many flexible ways to extract and
differentiate between useful and noisy frequencies. However, due to a wide range of approaches and
settings to extract real-world data, time series appears in many different forms, containing various
types of signals on various time scales [8, 40, 32]. Furthermore, each dataset prioritizes a distinct set of
informative frequencies while disregarding others as noise. Therefore, the primary objective of TSC is
to effectively isolate and leverage crucial signals across various time scales while minimizing the impact
of insignificant ones.

Several strategies have been formulated to tackle this issue. One primary method is to concentrate on
receptive fields [40]. Omni-Scale CNN aims to resolve the dilemma of the optimal receptive fields by
introducing a unique architecture that integrates diverse prime-kernel-size convolutions. This design
can capture an extensive range of receptive fields, ensuring comprehensive coverage of frequencies
across all time scales. However, this approach faces a challenging problem of scaling with larger
datasets because of the unique architecture, which comprises only three convolutional layers, limiting
the complexity of the feature space that can be explored. Additionally, the use of multiple convolutions
within a single layer (O(r)/log(r) where r is the largest receptive field) poses difficulties in scaling, as
adding more layers would significantly increase the number of parameters. Expanding the receptive
field size to accommodate longer signals may also result in overfitting [40]. Another popular approach
is the ensemble of 1-layer convolutions with various kernel sizes and dilations [11, 9, 10, 38] to extract
frequencies in a rapid and efficient manner. Despite its innovative nature, this method also suffers from
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ineffectiveness when it comes to large data compared to deep learning models [15] as their models are
mainly tested on UCR and UEA archive [8, 3] that mostly consist of relatively small or tiny datasets.
Other approaches such as [32, 33] leverage different novel transformations that represent time series in
more comprehensible ways, and then use a machine learning classifier to label each data point. The
state-of-the-art approach, [26], ensembles others’ classifier, which intuitively creates a robust classifier
that is proven to be the best method on [8]. All of these techniques also revolve around extracting
signals in time series at different scales, but most importantly, they all need to overcome the scalability
challenge of a machine learning based approach.

On the other hand, while deep learning models such as Inception Time [20], 1D-ResNet [17], and
xResNet [18] exhibit greater adaptability to larger datasets, their ability to capture every size of
receptive field is limited by their fixed structures and parameter constraints. Furthermore, although
having to manually design the structure of deep learning models, the most critical frequencies for a
dataset may not be obvious to researchers and can vary with the type of data. This makes the design
more time-consuming, and yet, does not guarantee the optimal architecture for specific datasets. We
summarize the shortcomings of previous approaches in Table 1.

Task Multi-scale Scalability Auto design

Deep learning [30, 18, 20] X
√

X

OmniScaleCNN [40]
√

X X

Others [26, 32, 33, 9, 10, 38, 11]
√

X △
MSTAR (our)

√ √ √

Table 1: The overview of previous methods in Time series classification. △ means not relevant.

Lastly, although the main challenge addressed by previous methods to reach state-of-the-art results in
TSC is through filtering frequencies [32, 20, 40, 9], we argue that the resolution in the time axis of the
extracted frequency significantly influences the predictive accuracy of classification models. Which, to
get a better view, we show the relation between receptive field (as well as frequency) and time frame
in the state-of-the-art model in section 6.

These mentioned challenges urge us to come up with MSTAR (Multi-Scale Time series ARchitecture
search), a deep learning backbone that leverages the multi-scale convolution, drawing inspiration from
the Inception-liked models [37, 20] and neural architecture search (NAS) [56]. Our approach of NAS for
time series classification suggests a novel way to tackle the formidable problem of architecture manual
construction. By employing NAS, our approach aims to search for the optimal range of receptive
fields tailored to a specific dataset, which lies at the heart of the successes of other TSC models, and
further bring out the architecture that best preserves the time resolution for each critical frequency.
We summarize our contributions as below:

• We introduce MSTAR as a multi-scale convolutional backbone search space, of which the primary
goal is to search for the optimal architecture that is capable of extracting the essential frequencies
needed for time series classification. MSTAR found 4 completely different architectures that
reached state-of-the-art performance at 4 datasets ranging from relatively small (10K) and up to
large (1M) at distinct domains compared to many previous TSC approaches.

• We provide a novel framework along with an effective autoencoder that aids our search space to
find novel architectures in any dataset.

• We do analytic experiments to show that the time resolution is also a critical factor to be taken
into consideration when building TSC models.

• We find that our CNN-backbone can be paired effectively with pre-trained Vision Tranformer
(VIT) [13] compared with other 1D-CNNs. Allowing our backbone to harness the power of global
contextual understanding, as well as leveraging sophisticated pattern recognition offered by large
vision models.
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2 Related works

2.1 Time series classification
In the exploration of Time Series Classification (TSC), methods such as [9, 10, 38, 11], have marked
significant strides. They utilize convolution without training the weights as the main strategies for
frequency extraction in an efficient but robust manner. Other methods such as [32] use symbolic
representation to minimize the noise while aiming to enhance signal representation. HIVE-COTE v2
[26] stands out as the state-of-the-art, integrating multiple classifiers for robust performance. However,
those mentioned methods predominantly undergo evaluation on smaller datasets from the UCR and
UEA archives, highlighting a scalability challenge. Deep learning approaches like InceptioneTime
[20], TCN [4] and others [30, 18] have better adaptability to larger datasets, offering flexibility and
overcoming some limitations of earlier models. Yet they too face challenges in manual design complexity
and the architectures may not be suitable for some specific types of datasets.

To alleviate the challenges for deep learning models, Omni-Scale CNN [40] offers an innovative architec-
ture to capture a broad spectrum of frequencies by integrating diverse prime-kernel-size convolutions.
This method is adept at ensuring comprehensive coverage across all time scales. However, its scalabil-
ity is hampered by the architecture’s simplicity, which includes only three convolutional layers. This
limitation not only restricts the complexity of the feature space that can be explored but also the
model scaling due to the exponential increase in parameters with added layers. Moreover, the risk of
overfitting escalates with the expansion of the receptive field to encompass longer signals.

2.2 Neural architecture search
Neural architecture search (NAS) is a technique that automates the process of designing and optimizing
the architecture of neural networks instead of manually specifying the network’s structure [56]. Prior
surveys [14, 48] have pointed out three main components of NAS: search space, search strategy, and
performance evaluation strategy.

When it comes to NAS search spaces, they are divided into cell-based [25], chain-based [39], and
hierarchical search spaces [7], with cell-based search spaces perhaps being the most popular ones. Cell-
based search spaces are inspired by the fact that the most successful CNNs designed with repeated
patterns stacked on top of each other, therefore narrowing down the search to only relatively small
cells, as opposed to searching the entire network from scratch [56]. This type of search space has
significantly lower complexity compared to the other two, making it our choice of design in this paper
[48]. In the field of image classification, there have been many search spaces of high quality, such as
NAS-Bench-101 [53] and NAS-Bench-201 [12], and inspired by the famous manually designed ResNet
[17]. However, to the best of our knowledge, there has been a lack of effective search spaces to
encapsulate effective 1D-CNN architectures for the task of time-series data classification. Our novel
cell-based search space is built upon the basis of the Inception-liked structure [37, 20], a powerful
convolution layer that incorporates multi-scale convolution filters and inception-like blocks to capture
diverse temporal patterns.

On the other hand, search strategies have become the main focus of NAS research in recent years.
Search strategies can be generally divided into two categories, namely: black box optimization [56, 2, 47]
and one-shot technique [25, 29, 5], each of which has its own unique characteristics and advantages
over the other. One-shot, which has been prominent in the field of NAS due to its efficiency, has
every model in the search space evaluated using the weights from one large model called supernet [25]
or hypernet [5]. However, the trustworthiness of not training a model directly has been a debatable
topic [48]. Meanwhile, the black box mechanism picks several models by either training from scratch
[56] or by using predictors [47]. Algorithms for the construction of architecture batches range from
evolutionary and genetic algorithms [2], reinforcement learning [56], Bayesian Optimization [16, 47],
etc. Although the black box method usually involves a great requirement of computational resources
(due to individual training of many architectures for evaluation), their conceptual simplicity makes
them a more accessible option in most applications and this work is no exception. Our approach is
inspired by the framework of BANANAS [47] and Bayesian Optimization [16], however, with great
modifications to suit our applications.
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3 Methodology
In this section, we first discuss in more depth the impact of the time resolution of non-trivial frequencies
and the reason for the design of our search space in subsection 3.1. Afterward, we will elaborate on the
specific detail of the search space and components in the framework in the remaining subsections.

3.1 Motivation
Continuous Wavelet Transform (CWT) has been applied widely in signal processing for AI [45, 23, 49]
due to its effectiveness in understanding how the frequency content of the signal evolves over time. In
addition, CWT for discrete signals bears great similarities to the convolutional layer in CNNs:

CWTa,b =
1√
a

N−1∑
n=0

x[n] . ψ∗ (n−b
a ) (1)

Where x[n] is the discrete signal at time n, ψ∗ is the complex conjugate of the mother wavelet function,
a and b are the scale and the translation of the wavelet function respectively. Parameter a controls the
scaling (or frequency) of the mother wavelet while b handles the translation (or shifting) where it slides
the center of the wavelet along the input signal. The combination of both parameters allows capture
features at various frequencies and time locations, analyzing non-stationary signals by compromising
between time and frequency resolution. Similarly, convolutional layers operate on the principle of
local receptive fields, scanning the input signal by shifting the kernel weights along the time axis where
these kernel can have different sizes or scales. Previous works have pointed out that convolution kernels
often include filters for frequencies [22, 54, 55] where sliding convolution kernel helps remove noise while
enhancing useful frequencies. We can view the convolution as a general case of CWT where the kernel’s
weights (or wavelet filter) are not determined by mathematical properties but rather constructed
from training with the data. Consequently, applying convolutional weights on signals resembles the
mechanism of downgrading the time resolution in exchange for extracting frequencies.

Therefore, we contend that TSC should put more weight on the time resolution of the extracted fea-
tures. This proposition is intuitive, as in certain time series types, the range of beneficial frequencies
may vary across different time locations [41]. By knowing the exact time frame of the processing fre-
quencies, classification models are provided with critical predictive information that is often overlooked
by previous methods [40, 9, 10, 11]. Focusing only on the frequency problem, one naive approach would
employ very large kernel size convolutions which contain an aggregation of various frequency filters.
Based on Fourier analysis that a signal can be decomposed into multiple distinct frequencies, scaling
from fine-grained (high frequency) up to the length of the receptive field (low frequency) Figure 1,
each acts as a filter to process the input signal [34]. In theory, these convolution can capture all of the
necessary features, thus, satisfying the frequency extraction requirement. However, this method would
not work as the time uncertainty is high for shorter signals (higher frequency) due to the extensive
kernels that blur out the precise time locations [34].

We conduct an experiment to verify the claim Table 2. We create five models denoted as Mi where i
is the length of the extensive convolution kernel, and an additional model Mall which contains a set
of distinct kernel sizes scaling from 3 to 20. Other hyperparameters are the same between the models
which ensures that they have roughly the same magnitude of the number of trainable weights. The
dataset for testing is PTB-XL [44], a popular dataset in electrocardiography (ECG) fields. Further
details regarding the experiment are elaborated in Appendix B. As indicated in Table 2, the multi-
scale model demonstrates superior performance in classification tasks. In contrast, the other models’
performances gradually decrease as the kernel size gets broader. This implies that the downgrade of
time resolution extracted by large convolution leads to the loss of crucial information in TSC. It is
important to note that, [40] witnessed the same phenomenon, however, they only discuss about the
impact of the receptive fields. We will discuss about the relation between time and receptive fields
further in the section 6.

To address the problem, one solution comes naturally. We employ NAS [56] as a novel way to search for
an architecture that could be highly finetuned for a specific dataset, where it is chosen to have a unique
set of convolutions to capture all beneficial frequencies with the highest time resolutions. In addition,
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Input
signal

High frequency

Medium frequency

Low frequency

Mixed filter

Figure 1: A large kernel, or a complex signal, can be dissected into multiple frequency components.
Each component functions as a distinct filter, isolating a specific frequency from the input signals.

Task Mall M20 M30 M40 M50 M60

Super 0.9325 0.9308 0.9301 0.9275 0.9231 0.9222

Table 2: The comparison of multi-scale model and large-kernel-size models with the "super" task in
the PTB-XL dataset. The reported metric is AUC, the best performance is highlighted in bold.

by only selecting necessary frequencies, our search space can avoid having excessive convolutions, thus,
having better scalablity than previous multi-scale approach [40] shown in section 5. Our design for the
search space is inspired by Inception-liked architectures [37, 20] which favor a "wide" convolutional
layer over "deep" like ResNet [17]. Due to the great flexibility of Inception, our search space can
construct various models that, by stacking convolution form a wide range of receptive fields [37],
allowing extraction of frequencies across multiple time scales.

3.2 Search Space
We constructed a cell-based search space that can be represented with a graph as shown in Figure 2.
The graph includes 13 nodes {Ni | i ⊂ 0, ..., 12} partitioned into 3 layers, the first node and the last
node (which have the indexes of 0 and 12) are the input node and output node respectively. The first
layer contains node 1 (N1), the second contains 5 nodes from node 2 (N2) to node 6 (N6), the last
layer consists of node 7 (N7) to node 11 (N11). Each node has an attribute of the number of channels,
denoted as Ci, which indicates the number of output channels of that node, the initial channel size of
each node is provided in Figure 2. As shown, there are two types of channels: 128 and 32, the former
is the standard channel size of a node while the latter serves as a bottleneck channel size (based on
InceptionTime) which minimizes the computational complexity of the model.

The edge that connects a pair of nodes denoted as Eij symbolizes one of the predefined operations
namely: convolution, max pooling, average pooling, and identity. The output of nodes with smaller
indexes will be forwarded to the respective operation and transformed into the output of nodes with
larger indexes. For example, if Ni and Nj are connected and i < j, the output of Ni, which has Ci

channels, will be passed through an operation stored in edge Eij to become the output of node Nj

having the channel of Cj . Furthermore, the channel of each node will be determined by the minimum
channel of all the previous nodes (nodes with smaller indexes) that are connected to it, and nodes
within the same layer cannot be wired together. Lastly, nodes that are not connected to any upper
layers’ node will be transformed to have the default of 128 channels (by concatenating with other
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Default: 128
Channel: 32
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Channel: 128

Default: 128
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Default: 128
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Channel: 32
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(N,32,1000)

(N,C,1000)

(If C is not 128)

(Else)

(N,128,1000)

(N,128,1000) (N,128,1000)
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Default channels:

Node 1, 2, 7: 32 channels

Else: 128 channels

Operation-edge

Connection-edge

Figure 2: search space’s cell visualization: The default channel sizes along with the preprocessed
channel sizes are provided. Edges that connect 2 nodes are denoted as operation-edge (orange) and
contain an operation, other edges are used purely for connection (green).

bottleneck nodes and passing through depth-wise convolution) and then added to the output of the
last node to be forwarded to the next cell. An example is provided in Figure 2.

In the search space, kernel sizes are selectable for different operations. Specifically, for convolution,
the default sizes are 1, 3, 5, 9, 19, and 39, while for max and average pooling, the options are 3, 5,
and 9. This choice of kernel sizes, which is inspired from previous TSC model InceptionTime [20],
allows our search space to construct multiple receptive fields by stacking convolutions [37], providing
flexibility in extracting necessary frequencies while maintaining reasonable time resolution. Ultimately,
the model is formed by assembling multiple identical cells and can either be attached with a classifier
for classification or serves as a backbone for time series processing.

3.3 Search space encoding
A model can be represented by its unique cell, we encoded our search space with a 4× 13× 13 matrix
denoted as A ∈ A which is concatenation of four 13× 13 adjacency matrices for each operation, with
each element in an adjacency matrix indicates the connection between a pair of nodes. Specifically,
if Ni and Nj are wired together then A[i, j] contains the kernel size of the operation (A[i, j] = 1
for the Identity), if Ni and Nj are not connected then A[i, j] = 0. An illustration can be found in
Figure 3.

3.4 Framework
We will discuss in details about the framework in this section. The overall framework is inspired by the
BO neural predictor of BANANAS [47], we use Bayesian Optimization (BO) [16] to search for superior
models at each iteration. The acquisition function is defined as the Expected Improvement (EI) where
the mean and variance are derived from calculating the mean and variance of the outputs of a group
of predictors. These predictors are trained to predict the performance of a given model.

We first pre-train an autoencoder on the search space so that it could capture and project the adjacency
matrix to the vector space V. Furthermore, we initialize a population by training a set of N models
that were generated randomly Pinit = {labeli : Ai | i = 1, 2, ..., Ninit}. A set of predictors, denoted
as Preds = {pi, |, i = 1, 2, ..., Npreds}, is trained on the initial population over Ep epochs. This
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Figure 3: search space’s encoding visualization: The search space can be represented as a 4× 13× 13
Adjacency matrix (A). This matrix then will be preprocessed to meet the criteria of the search space.

training involves processing adjacency matrices via the autoencoder’s encoder to derive representations
within the V space, serving as inputs for the predictors, Preds : V 7→ label. At each iteration, the
predictors are periodically retrained with the current population for a limited number of epochs to
prevent overfiting. Subsequently, a provisional population, Ptemp = {labelti : At

i, |, i = 1, 2, ..., Ntemp},
is assembled by selecting K top-performing architectures from the current population and applying
mutation operations at a predetermined probability. To maintain a balance between exploration and
exploitation, this process is complemented by the introduction of newly generated models into Ptemp.
Each model within this temporary population is then processed through the encoder, Encoder : A 7→
V, and evaluated by the predictors. The top Q models are then trained from scratch to determine
their true performance labels. These models are subsequently integrated into the main population pool.
The pseudo code of the framework is shown in subsection 3.4. It is important to note that throughout
this search process, the pre-trained autoencoder remains fixed, and only the encoder component is
utilized.

Algorithm 1 Pseudo code of the framework
Require: pre-trained autoencoder CAE with the search space
Require: Pinit = {labeli : Ai | i = 1, 2, ..., Ninit}
1: Train predictor Preds = {pi | i = 1, 2, ..., Npreds} with Pinit for Ep epochs
2: Load and freeze the weights of CAE
3: Population = Pinit

4: while epoch < Es do
5: Train Preds for ep epochs on Population
6: Draw out K models from Population
7: Sample Ptemp by randomly generate or mutate from K best models in Population
8: Feeding Ai ∈ Ptemp to the encoder to get the vector vi ∈ V
9: Pass vi through Preds and calculate the acquisition function

10: Train from Q highest score models and add to Population
11: end while
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Figure 4: The architecture of our convolutional autoencoder CAE and predictors.

3.4.1 Autoencoder and predictors

Our search space is represented in the form of a 4 × 13 × 13 matrix which is the same format as an
image, hence, we propose an autoencoder denoted as CAE with convolutional layer Equation 2 and
global average pooling (GAP) so that it converts the matrix to a vector space vi ∈ V that contains
information about the model Equation 3. The role of the decoder is to help the encoder create a
vector space, projecting from discrete to continuous space, that retains enough information so that
the original adjacency matrix can be reconstructed by the decoder Equation 4. In addition to the
autoencoder, we use a simple linear layer for the implementation of the predictors. The predictors
take the output of the encoder (vector in the vector space V) and feed through a linear layer with
sigmoid as the activation function to predict the labels of the processing models Figure 4. Using both
autoencoder and predictors prove to have a significant impact on the performance of the predictors
compared to only using predictors, which we analyze in detail in section 6.

O = ReLU (BatchNorm(Conv(A))) (2)

vi = GAP(O) (3)

Â = Decoder(O) = ReLU (Conv(OOT )) (4)

4 Experiments

4.1 Datasets
We conduct our experiments on four datasets at four distinct domains, namely: electrocardiography
(ECG), electroencephalography (EEG), human activity recognition (HAR), and satellite image time
series (SITS).

4.1.1 PTB-XL

The PTB-XL dataset [44] is a large-scale electrocardiography (ECG) dataset that contains 21,837
clinical 12-lead ECGs from 18,885 patients, recorded between October 1989 and June 1996. These
records include extensive annotations by cardiologists, conforming to the SCP-ECG standard, and
cover diagnostic, form, and rhythm statements for a comprehensive array of cardiac conditions. The
dataset is sampled at both 100 Hz and 500 Hz with a length of 10 seconds, however, we follow [35, 6]
and only process the former.

The dataset was split into ten folds, with the tenth fold recommended as the test set and the remaining
nine folds as training and validation sets. Following this, we used the first eight folds for training, the
ninth fold for validation, and the tenth fold for testing. Moreover, we also use the bandpass filter
to remove outlier frequencies, allowing the frequencies in the range of 3-45Hz only, following [6].
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The evaluating task is "super-diagnosis" (super) as it is recorded with the least fluctuation in the
performances of the models [6]. The main metric for this dataset is AUCROC.

4.1.2 EEGEyeNet

The EEGEyeNet [21] dataset provides a unique combination of high-density electroencephalography
(EEG) and eye-tracking (ET) data from 356 healthy adults aged between 18 and 80 years. The
dataset was recorded using a 128-channel EEG system and an infrared video-based ET system, both
at a sampling rate of 500 Hz. It includes data from three experimental paradigms designed to ex-
plore the intersection of brain activities and eye movements. Annotations include the start and end
times of saccades, fixations, and blinks, as well as the position of saccades and average position of
fixations.

We use the task "absolute position" similar to [52], which is the hardest task according to [21] and
contains about 35000 data points. The data is split into three parts with the proportion of 70-15-15
for training, validating, and testing respectively, which is recommended by the benchmark [21]. The
metric used for this task is RMSE.

4.1.3 Smartphone HAR

The smartphone HAR [31] is recorded from 30 volunteers aged 19 to 48, who performed six different
activities: walking, walking upstairs, walking downstairs, sitting, standing, and lying. These activities
were recorded while each participant wore a Samsung Galaxy S II smartphone, sampling at a rate
of 50Hz. The raw sensor signals underwent preprocessing to remove noise and were segmented using
sliding windows of 2.56 seconds with a 50% overlap, resulting in 128 readings per window.

The dataset contains 10300 data points. We implement the split of 5-2-3 for our experiments with
the test data as the default provided by [31]. We follow [50] which adopts F1−micro as the main
metric.

4.1.4 Satellite

The dataset [28] is derived from images taken by the Formosat-2 satellite gathered at Toulouse area
in France. These images are multi-channel, allowing for the observation of land cover changes across
several years. Each pixel within the images corresponds to a specific geographic area. The primary
objective of using this satellite imagery is to create land cover maps that aid in geographical surveying.
This involves analyzing sequences of pixels within a particular color channel to classify them into one
of 24 different land cover categories.

We utilize the preprocessed data from [42], which contains 1M data points and splited into three part
with the percentages of 80%, 10%, and 10% for training, validating, and testing respectively. The
main reported metric is accuracy.

4.2 Setups
The following hyperparameters are constant throughout the experiments. The autoencoder is trained
with 800k randomly generated models, with the split of 792k for training and 8k for testing and the
learning rate of 1×e−2 for 100 epochs. The more models used to pre-train the better, however, we chose
800k as the autoencoder showing no further noticeable improvement when we increased the number of
models. L2 loss is utilized for the pre-train of autoencoder which evaluates the distance between real
and reconstructed adjacency matrices. We initializes Ninit = 400 models then trains the Npreds = 10
predictors on Pinit for Ep = 200 epochs with L2 loss and learning rate of 1× e−3. The framework runs
for Es = 50 iterations. In each iteration, the predictors are trained for ep = 10 epochs on the current
population. The probability of mutation is 0.8 which modifies 15% of the original adjacency matrix.
Other hyperparameters are set as follow: K = 4, Ntemp = 24, and Q = 4. More details about training
models for each dataset can be found in the Appendix A.
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5 Main results
After each run, our population consists of 600 different models and we draw out the top 10 with the most
promising score for evaluation. The best architecture is chosen by averaging throughout five runs and
then selecting the highest performance. Our results are presented in the following subsections.

5.1 PTB-XL
We conducted an experiment on the "super-diagnosis" task within the PTB-XL dataset, as detailed
in Table 3. Our backbone architecture incorporates both average and max pooling layers alongside a
standard linear classifier, in line with the structure proposed by [20]. To ensure a balanced evaluation,
we scaled the number of parameters in various renowned Time Series Classification (TSC) models,
including [40, 4, 30], to match our model’s scale. This normalization allows for a more equitable
comparison. The presented results encapsulate the average outcomes of five distinct runs.

It is observed that our model surpasses the state-of-the-art performance by a noticeable margin. Other
Inception-liked models’ performances vary significantly. Specifically, IncepSE [6] was the previous best
model reaching 0.9343, while XceptionTime performs poorly in the PTB-XL. This shows the flexibility
of Inception models which could be exploited to create models that are highly tuned to a specific task.
Furthermore, our model exhibits a greater adaptability for larger dataset compared to other receptive-
field-based approaches [40, 4], illustrating the need for precise time location rather than focusing on
only frequency.

Models AUC Parameters

XceptionTime [30] 0.8949 1.5M

TCN [4] 0.9309 1.7M

OmniScaleCNN [40] 0.9191 1.7M

xResNet [18] 0.928 -

ResNet1D-Wang [46] 0.930 -

InceptionTime [20] 0.921 -

ST-CNN-GAP-5 [1] 0.9318 -

IncepSE [6] 0.9343 1.1M

MSTAR (Our) 0.9355 2.3M

Table 3: The AUCROC in super-diagnosis task on PTB-XL.

5.2 Satellite
For this dataset, we also evaluate popular TSC models with the number of parameters scaled Table 4.
The reported results are the mean after five runs. We chose a linear classifier without any pooling for
our backbone CNN as it has a superior outcome compared to other classifiers. Our experiment reveals
that, for larger datasets, our model consistently has better performance. MSTAR found a model that
exceeds receptive-field methods significantly, outperforming OmniScaleCNN [40] and TCN [4] by 7,7%
and 3% respectively. The same trend happens when other Inception-liked models’ adaptability greatly
fluctuates, however, this time, XceptionTime [30] exhibits a more dominant performance. Once again,
this implies the potential for a highly tuned Inception model for a specific time series dataset that has
yet to be discovered.

5.3 Smartphone HAR
Following [50], we report the top-1 F1−micro out of 10 runs and include their results. In alignment with
our previous approach, we meticulously calibrated the number of parameters in renowned TSC models
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Models Accuracy Parameters

XceptionTime [30] 88,7 9.6M

TCN [4] 86,0 10.7M

OmniScaleCNN [40] 85,9 12.0M

xResNet34-deeper [18] 88,0 9.1M

ResNet1D [17] 86.6 -

InceptionTime [20] 84,8 -

MSTAR (Our) 89.0 12.0M

Table 4: The accuracy of TSC models on Satellite.

to a uniform scale, ensuring a fair and balanced comparison. Table 5 demonstrates the adaptation of
our search space on a relatively small dataset. Our discovered model surpasses the previous state-of-
the-art [50] in the human activity recognition task. This accomplishment underscores the robustness
of our framework, particularly in scenarios characterized by limited data availability.

Models F1−micro Parameters

XceptionTime [30] 0.934 3.5M

TCN [4] 0.876 2.2M

OmniScaleCNN [40] 0.932 1.7M

xResNet19-deep [18] 0.931 5.0M

DeepConvLSTM [27] 0.910 -

InnoHAR [17] 0.945 -

InceptionTime [20] 0.944 1.8M

MSTAR (Our) 0.953 3.7M

Table 5: The F1−micro on Smartphone HAR.

5.4 EEGEyeNet
Finally, we show that our model can be used as a backbone for transformer [43]. We follow previous
works on the dataset [21, 52] where the means of RMSE metric are reported after 5 runs. [52] point out
that, Vision transformer (VIT) [13] can be paired effectively with CNN. Furthermore, the pre-trained
weight of VIT provides an essential pattern recognition mechanism, which substantially enhances the
ability of the hybrid model (VIT2EEG [52]) to predict the eye gaze position. We also use VIT and
pre-trained VIT for this experiment while using MSTAR and InceptionTime [20] as the backbone.
InceptionTime is chosen for its similarity to our model in terms of the overall macro structure as an
Inception-liked architecture, suitable for a backbone. Moreover, we conduct two separate NAS runs
for pre-trained and base VIT respectively and the best models in both categories are reported. The
hyperparameters for the pre-trained VIT are the same between each backbone in this experiment. Note
that our contribution is not to provide the best result as we could utilize more advanced VIT-based
models or use tuned hyperparameters for VIT. Instead, our intention is to demonstrate the ability of
our backbone CNN to perform well on tasks other than classification and the flexibility to work with
transformers. The results in Table 6 show that both models, MSTAR-VIT-base and MSTAR-VIT-
pre-trained, surpass the previous state-of-the-art by substantial margins. Notably, our base model
(without pre-trained weights) exceeds the pre-trained EEGVIT, further underscoring the potential of
using our backbone with transformers.
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We also evaluate the performance of InceptionTime as a backbone CNN. Although the impact of
VIT on the base model is limited compared to InceptionTime, the weights of VIT trained on image
data boost the performance of InceptionTime-VIT-pre-trained significantly. This could be that the
InceptionTime is not suitable to be a backbone but the pre-trained weights, with crucial additional
information, support a strong performance.

Models RMSE

Naive 123,3

XceptionTime [30] 78,7

PyramidalCNN [21] 73,9

InceptionTime [20] 70,7

InceptionTime-VIT-base 69,5

InceptionTime-VIT-pre-trained 54,2

VIT-base [13] 61,5

VIT-pre-trained [13] 58,1

EEGVIT [52] 61,7

EEGVIT-pre-trained [52] 55,4

MSTAR-VIT-base (Our) 53,3

MSTAR-VIT-pre-trained (Our) 51,3

Table 6: The results on the EEGEyeNet dataset. The numbers of parameters are not presented because
most of the results are concluded from [52, 21].

6 Ablation study
We believe that two problems should be discussed further in this section. The first problem is the
impact of receptive fields on the frequency and time precision. Moreover, we provide proof of the
importance of accurately identifying time to the performance of our TSC model. Secondly, we focus on
the effect of using CAE compared to the prominent Variational Autoencoder (VAE) and the accuracy
of our predictor.

6.1 Receptive fields and time resolution
We first calculate the receptive fields of each node in our state-of-the-art model on the dataset PTB-
XL Table 7. Afterward, we visualize the time and frequency of the feature maps in each node via the
spectrograms generated by CWT. The results are presented in Figure 5 where we show the spectrogram
at layers 1, 2, and 6 of the last 6 nodes excluding the output node. These nodes were chosen because
each of them contains a distinct range of receptive fields. At first glance, the plot contains multiple
figures that all have vertical dark color stripes, which is expected as ECG is periodical and the stripes
mean no heart pulse. At the first layer, it is observed that the broader the receptive fields span, the less
rigorous the stripes are. In contrast, larger receptive fields mean stronger frequency intensities, this is
indicated by the brighter color. Specifically, N6 only has the receptive field of 1, which means its feature
maps are the most similar to the ECG signal with distinctive stripes and high time resolution. While
N7 contains more and broader receptive fields, hence the range of frequencies captured is wider and
stronger but the precision regarding time is degraded. This aligns with our motivation subsection 3.1.
Furthermore, the same pattern happens with the next layers. As we dive deeper, the receptive fields
get much larger and more complex, which results in the downgrade of time resolution and the features
are more abstract as the stripes have been blurred out. It is worth noting that, the nodes with modest
receptive fields in the lower layer still have small receptive fields compared to other nodes at the higher
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Figure 5: Spectrograms of the feature maps created by Continuous Wavelet Transform (CWT) from
MSTAR’s model on PTB-XL [44]. The larger the receptive field, the stronger the frequency intensities.
However, this is the trade-off for time resolution.

layer. Thus, the rank, in terms of brightness of the feature maps (indicating the magnitude of the
frequencies) within the set of nodes, is still the same for every layer.

Node Receptive fields
1 Not connected
2 1
3 1
4 9
5 9
6 1
7 1, 3, 17, 27, 39
8 1, 3, 9
9 3, 9
10 1, 3, 5, 9, 11
11 1, 9, 17

Table 7: The receptive fields of every node at the first layer of our MSTAR model on PTB-XL.

We show the importance of time resolution in the first layer in Figure 6. Layer 1 is chosen because
of its clear distinction regarding time while still having a variety of ranges of receptive fields. We
evaluate the contributions by taking the mean of L1 norm of the scores for the output of each node
given by Integrated Gradient [36], all while zeroing out other nodes. The higher the scores, the greater
the contributions to the overall classification. The results in Figure 6 show that the first five nodes
have significant gradient quality, which is expected as they also serve as the skip-connection. But most
importantly, the last five nodes (N7 to N11), although having different contributions among the classes,
none of the contributions can be disregarded. This implies that both time and frequency resolution
are essential to our model, providing critical information for classification.

Lastly, with the prior knowledge of the rank in terms of time resolution still remaining the same at
each layer, we remove nodes from the adjacency matrix to see their impacts on the performance of our
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Figure 6: The scores of the nodes in layer 1 from MSTAR’s model on PTB-XL with Integrated Gradient
[36]. None of the node has a neglectable contribution.

model. We zero out several nodes that deliver the most accurate time view, which includes N8, N9,
and N10. We do not select N6 as it serves as the skip connection to the model and would already have
an important role anyway. In contrast, N7 and N11 are included in our experiment, as they are among
the most critical nodes in terms of frequency resolution, for the sake of comparison. Furthermore,
discarding these nodes would not change the structure of another node because they are at the last
layer in the cell besides the output node, hence, would not affect the performance if it is not important.
Table 8 shows that without the information of precise time location, our model performs noticeably
worse, commensurable with the loss of AUC of removing N7 and N11. This further implies the essential
of time resolution in TSC.

Removing node N7 N8 N9 N10 N9 and N10 N11

AUC 0.9326 0.9338 0.9352 0.9350 0.9332 0.9345

Table 8: The performances of our model when removing N8, N9, and N10 respectively when comparing
with N7 and N11. Our model is trained from scratch, the mean AUC is recorded after 5 runs.

6.2 Impact of autoencoder
The utilization of autoencoder has been proofed to have a significant impact on various frameworks
[51]. However, different search spaces, that have unique representations, require specific types of
autoencoder. Consequently, we show that our Convolutional Autoencoder (CAE) is more suitable
than the popular counterpart Variational Autoencoder (VAE). We start by constructing a VAE, of
which architecture is demonstrated in Appendix B. The standard L2 with KL divergence are adopted
as the loss function of the VAE. Furthermore, both of the autoencoders are trained with the setups
refered in subsection 4.2 which ultimately evaluate the performance by the L2 metric. The results are
presented in Table 9.

Autoencoder CAE VAE
MSE Loss 5.389 14.202

Table 9: The L2 loss of both autoencoders on 8K randomly initialized adjacency matrices. The CAE
is better at reconstructing our search space representation.

We also show the performance of our predictors in measuring the performances of models based on the
adjacency matrices. We conduct an experiment with our standard CAE and 10 predictors that compare
with modified predictors. These predictors are integrated with a Convolutional block with a pooling
layer at the stem so that they can effectively process the matrices. We also make modifications so that
the new predictors would reach their best potential as shown in Appendix B. The comparison is shown
in Table 10. The Spearman correlation coefficient is adopted as the main metric. We randomly initialize
800 models and train them from scratch across all 4 datasets. We then split with the proportion of 9-1
for training, and validation respectively. The results demonstrate that the pre-trained CAE boosted
the accuracy of the predictors substantially, essential for our framework to search on different time
series datasets.
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Method CAE and linear predictors Convolutional predictors
smartphone HAR 0.730 0.382

PTB-XL 0.528 0.246
Satellite 0.321 0.156

EEGEyeNet 0.242 0.238

Table 10: The effectiveness of our autoencoder on the precision of the neural predictors measured in
Spearman Correlation. The baseline is random guessing which has the correlation of zero.

7 Conclusion

7.1 Future works
Our research can be reproduced for follow-up works. We encourage improvements in the framework
to improve the efficiency and accuracy of the search. Moreover, another promising direction is to
incorporate more advanced operations such as convolution with dilation and groups or the squeeze
and excitation module [19]. Lastly, our approach to integrating transformer is still naive, we believe
this topic could spark many renovating ideas, and open more possibilities in TSC.

7.2 Conclusion
In this study, we propose a multi-scale search space that comes with a novel framework to search for the
optimal architecture as well as receptive field range for time series datasets. Our proposed MSTAR
backbone overcomes the formidable scalability challenges, leveraging automated searching without
human intervention and accomplishing optimistic results. Our experiments reveal that while frequency
extraction is crucial, time resolution also plays an important role, providing valuable information in
the TSC field. We believe that these findings could provide a broader view of time series processing,
incorporating larger models to tackle more extended datasets.
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A Training setups
Our detailed training setups are presented as follows Table 11. Note that for smartphone HAR, the
F1−micro fluctuated widely and the size of the dataset is limited, hence, we evaluate the architectures
for NAS by randomly segmenting the data into 5 folds and implementing 5-fold testing. Moreover, we
use Pytorch Lighting API trainer [24] with the learning rate of 1e−3 and implement stochastic weight
averaging with 1e−4 learning rate while running NAS. The setups to evaluate every model after NAS
(including our model) in Table 5 are presented in Table 11. For other datasets, we employ training
and validating on the default training and validating set, the test set is utilized to evaluate after we
run the architecture search for a fair comparison. The training for the remaining datasets is the same
throughout the search and benchmarking.

B Hyperparameters

B.1 Multi-scale experiment
We create six models with multiple scales as described in subsection 3.1. The hyperparameters of
all the architectures are the same and are inspired by InceptionTime [20], which includes five layers
with 128 channels, each layer contains the standard convolution, batch normalization, and ReLU
as the activation. We use both global average and global max pooling and a linear layer as the
classification.

18



Setups lr Optimizer Scheduler Population - Loss - Others

Datasets Criterion parameters

Autoencoder 1e−2 Adam OneCycle: 792K - 8K L2 loss Epochs:100

pre-trained (models) Batchsize: 256

Predictors x 10 1e−3 Adam None Pinit L2 loss Epochs: 200

pre-trained (400 models) Batchsize: 16

Predictors x 10 1e−3 Adam None Population L2 loss Epochs: 10

each Iteration Batchsize: 16

PTB-XL 1e−2 AdamW OneCycle PTB-XL Binary cross Epochs: 18

training entropy Batchsize: 128

EEGEyeNet 1e−3 Adam OneCycle EEGEyeNet L2 loss Epochs: 30

training Batchsize: 128

Smartphone 1e−4 AdamW OneCycle Smartphone Cross Epochs: 30

HAR training HAR entropy Batchsize: 128

Satellite 2e−3 AdamW OneCycle Satellite Cross Epochs: 12

training entropy Batchsize: 1024

Table 11: The training setups

B.2 VAE and convolutional predictor
The architecture of the VAE that we build for subsection 6.2 is shown in this section. Equation 5
and Equation 6 show the information flow of our encoder, where Aj is the adjacency matrix of the
jth operation. The hidden representation at layer i is denoted as Hi, it can be further split into four
parts {Hi, j | j ∈ {1, .. 4}} at the last dimension, carry global information of other operations when
multiplying with Aj . The MLP consists of linear, batch normalization, and a leaky ReLU activation
function. We chose the leaky ReLU and also the overall architecture because they are the best setups
in our empirical experiments. The representation in V is derived from V ∼ N (µ, σ2) where µ and σ
are acquired from feeding the last H through two linear layers respectively. On the other hand, the
decoder is described in Equation 7 and Equation 8 where Â is the reconstructed matrix.

H0 =

3∑
j=0

Aj Wencoder (5)

Hi+1 = MLP(Concatj((1 + ϵ)Hi +Aj Hi, j)) (6)

Zj = V Wdecoder (7)

Â = ReLU (Concatj(Zj Z
T
j )) (8)

The convolutional predictor is constructed by using a simple block, which includes convolution, batch
normalization, global average pooling, and several feed-forward layers with tanh activation. This
architecture resembles the combination of our CAE and linear predictor. The hyperparameters of
both VAE and predictor are tuned so that they leverage the best performances. For the variational
autoencoder, we implement five layers with a hidden dimension of 128 and the MLP contains two linear
layers. The predictors have 2300 channels for convolution (same as the CAE) and contain four feed-
forward layers with the number of neurons decreasing by half each layer, starting with 2300.
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