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Abstract—Future communication systems are envisioned to
employ intelligent reflecting surfaces (IRSs) and the millimeter
wave (mmWave) frequency band to provide reliable high-rate
services. For mobile users, the time-varying channel state
information (CSI) requires adequate adjustment of the reflection
pattern of the IRS. We propose a novel codebook-based user
tracking (UT) algorithm for IRS-assisted mmWave communication,
allowing suitable reconfiguration of the IRS unit cell phase shifts,
resulting in a high reflection gain. The presented algorithm
acquires the direction information of the user based on a peak
maximum likelihood (ML)-based direction estimation. Using the
direction information, the user’s trajectory is extrapolated to
proactively update the adopted codeword and adjust the IRS
phase shift configuration accordingly. Furthermore, we conduct
a theoretical analysis of the direction estimation error and utilize
the obtained insights to design a codebook specifically optimized
for direction estimation. Our results show that the proposed ML-
based direction estimation algorithm outperforms a multiple signal
classification (MUSIC)-based reference scheme. The proposed
direction estimation codebook improves the direction estimation
error for both these schemes as compared to when a reference
codebook is used. Also, the accuracy of the proposed UT algorithm
is shown to be competitive with Kalman filter-based UT, while
the proposed scheme requires fewer a priori assumptions on the
user movement. Furthermore, the average achieved signal-to-noise
ratio (SNR) as well as the average effective rate of the proposed
UT algorithm are analyzed. The proposed UT algorithm requires
only a low overhead for direction and channel estimation and
avoids outdated IRS phase shifts. Furthermore, it is shown to
outperform three benchmark schemes based on direct phase
shift optimization, optimal codeword selection, and hierarchical
codebook search, respectively, via computer simulations.

Index Terms—Intelligent reflecting surface (IRS), millimeter
wave, user tracking, codebook design.

I. INTRODUCTION

The continuous development of new communication systems,
such as the sixth-generation (6G) wireless system, aims to pro-
vide higher data rates to accommodate the steadily increasing
user demands. To meet these requirements, previously unused
spectrum, such as the millimeter wave (mmWave) band (30
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GHz - 300 GHz), is considered of great interest [2]. However,
for mmWave communication systems, the line-of-sight (LoS)
path is usually significantly stronger than the remaining multi-
path components [2]. Therefore, obstruction of the LoS causes
severe performance degradation in these systems. To mitigate
this effect, intelligent reflecting surfaces (IRSs) have been
introduced. These are passive devices consisting of many small
programmable unit cells that reflect electromagnetic waves in a
controllable manner [3], [4]. By placing IRSs strategically, the
coverage of a base station (BS) can be extended to otherwise
obstructed areas, by providing a virtual LoS from the BS to a
user via the IRS [3], [4].

When an IRS is utilized to enable communication between a
BS and a mobile user, the phase shifts of the IRS unit cells need
to be updated regularly according to the user’s current direction.
This task can be facilitated by user tracking (UT) techniques
that update the BS’s estimate of the real-time direction of
the user relative to the IRS. In particular, once the direction
of the user (or an estimate of it) is available to the BS, the
IRS phase shifts can be configured efficiently via codebook-
based IRS configuration [5]. Compared to configuring the
phase shifts of the IRS unit cells individually [6], [7], which
requires full channel state information (CSI) knowledge, it
suffices for codebook-based IRS configuration to know the
direction of the user in order to select the optimal codeword,
i.e., the codeword whose beam pattern overlaps most with the
actual direction of the user. Hence, accurate UT in IRS-assisted
systems enables the efficient configuration of IRS unit cells
for data transmission.

However, acquiring information about the user’s direction is
itself a difficult problem in IRS-assisted systems. For systems
without IRSs, direction estimation has been studied extensively
and powerful digital signal processing algorithms, such as the
multiple signal classification (MUSIC) algorithm [8] and several
variants of it (see [9] for a recent review of algorithms for
direction estimation) have been proposed. The existing direction
estimation schemes for systems with IRSs can be divided into
MUSIC-based direction estimation, maximum likelihood (ML)-
based direction estimation, and Cramer-Rao bound (CRB)-
based direction estimation (see [10], [11] for a general
introduction and comparison of these approaches). A MUSIC
algorithm for IRS-assisted multi-user direction estimation in
one spatial dimensional has been introduced in [12]. However,
since in [12] random phase shifts were used to configure
the IRS, leading to small reflection gains, the feasibility of
the scheme proposed in [12] hinges on the assumptions of
large antenna gains and comparatively small path losses at
the considered carrier frequency of 2.4GHz. Conversely, when



applied to mmWave systems, which experience higher path loss,
and a three-dimensional environment with isotropic antennas,
as considered in this paper, the random IRS configuration
from [12] leads in general to very low signal-to-noise ratios
(SNRs) and, consequently, unreliable direction estimation
performance. ML-based direction estimation has been studied
for communication systems with and without IRS [13], [14].
In [14], the authors propose an ML-based direction estimation
scheme in the downlink using omnidirectional beams for an
active multi-antenna array, i.e., a unit modulus constraint, as
usually required for IRS beamforming, is not considered in [14].
On the other hand, the authors of [13] proposed an ML-based
algorithm for IRS-assisted direction estimation in the downlink,
which, however, uses random IRS configurations resulting in
low received SNRs. An algorithm for estimating the user’s
direction relative to the IRS based on minimizing the CRB of
the direction estimation error was proposed in [15]. However,
this algorithm requires full CSI knowledge, which is difficult
to obtain for IRS-assisted systems in practice. Furthermore,
the scheme proposed in [15] requires adjusting the phase shifts
of all IRS elements individually, which is computationally
challenging for large IRSs and may be infeasible in real-time.
The authors of [16] proposed a downlink direction estimation
beam design for a one-dimensional IRS based on the CRB.
However, this design is limited to a fixed beamwidth, which is
equivalent to the 3dB beamwidth of a focused beam and thus
depends on the size of the IRS.

For user tracking, neural network based prediction ap-
proaches can be employed for specific scenarios where move-
ment data is available for training the neural network, see, e.g.,
[17], [18]. However, the requirement for training data limits the
applicability of such models, especially when user movement
patterns change over time. In [19], a message passing algorithm
is employed for tracking of a single user in the downlink
with a multiple-IRS system, utilizing a Markov transition
model assuming random and uncorrelated user movements.
The approach presented in [19] was extended to the multi-
user case in [20]. However, the methods in [19] and [20] are
limited to multiple-IRS systems and very specific movement
scenarios. It was also proposed in the literature to track the
user’s direction using model-based statistical signal processing
tools, such as the Kalman filter [21], the extended Kalman
filter [22], or linear extrapolation [23]. However, the accuracy
of these methods depends on the availability of models that
map the measurements to the user’s direction parameters [21],
[22] or the strong assumption of linear user trajectories [23].
However, for the general case of mobile users that move
nonlinearly, i.e., the user’s direction is a nonlinear function
of time, a mapping from the measurement, i.e., the received
signal at either the BS or the user, to the user’s direction
relative to the IRS is not known to date. Furthermore, model-
based user tracking methods typically hinge on a priori
assumptions on the parameters of the considered movement
model and these parameters are unknown in general and may
even change over time. Finally, the authors of [24] propose a
UT algorithm for a roadside setting where several IRSs are
used to maintain LoS connections to cars moving along the

road. However, the movement trajectories of the cars in [24]
are assumed to be linear and, hence, the proposed scheme
does not apply in general, when nonlinear movement of user
devices is considered. To the best of the authors’ knowledge,
a UT algorithm for general user movement scenarios which
is applicable when full CSI, i.e., knowledge of all multi-path
components, is not available has not been proposed for IRS-
assisted systems, so far.

In this paper, we propose a novel scheme for user direction
estimation and tracking in IRS-assisted systems to overcome
the shortcomings of existing schemes. On the one hand, the
UT scheme proposed in this paper is codebook-based and,
hence, features efficient IRS configuration supporting real-time
use cases. While existing codebooks are either of fixed size

[16], [25], i.e., of limited flexibility, or optimized for data
transmission, i.e., to achieve the highest possible reflection
gains, [5], [26]-[28], the direction estimation codebook pro-
posed in this paper is of variable size and designed specifically
for direction estimation. On the other hand, the proposed
tracking scheme does not depend on the assumption of linear
user trajectories, but is applicable to general nonlinear user
movement. The proposed algorithm repeatedly estimates the
user direction in regular time intervals using a peak ML-
based approach facilitated by the proposed direction estimation
codebook. Then, based on these direction estimates, the user’s
trajectory is extrapolated in the subsequent time blocks and
the corresponding optimal codewords for data transmission
are selected from a second codebook, the data transmission
codebook. In order to design the direction estimation codebook,
first a theoretical analysis of the expected estimation error using
a first-order approximation of the IRS response function is
performed. Then, based on the error analysis, a gradient descent
algorithm for finding a locally optimal beam shape is derived.

The main contributions can be summarized as follows:

« We propose a novel beam pattern design specifically
optimized for minimizing the user direction estimation
error in the considered IRS-assisted system. The direction
estimation codebook derived from the proposed beam
pattern is practically realizable since it implicitly accounts
for beam shape limitations imposed by the codebook-based
IRS configuration.

« We introduce a codebook-based UT algorithm that first
estimates the direction based on the proposed direction
estimation codebook and then extrapolates the current
user direction. The extrapolated direction is used to
proactively determine when the IRS codeword for data
transmission has to be changed and to optimally select
the new codeword.

« We provide a comprehensive analysis of the overall per-
formance and overhead that the proposed communication
scheme achieves.

The simulation results reveal that the proposed ML-based
direction estimation method outperforms a MUSIC algorithm
baseline for all considered IRS phase shift configurations.
Also, the direction estimation error is significantly lower
when employing the proposed direction estimation codebook,
compared to a reference codebook from the literature optimized



for data transmission. The results confirm that the proposed UT
algorithm can maintain the LoS connection to a mobile user,
even for nonlinear movement patterns. The tracking accuracy
of the proposed trajectory-based algorithm is equivalent to
a Kalman filter baseline, while requiring fewer assumptions
about the user movement. Overall, the proposed UT algorithm
achieves a significantly higher effective rate compared to three
baseline schemes, which are based on the perfect CSI and
codebook-based IRS configuration for data transmission via hi-
erarchical search and optimal codeword selection, respectively.

In the conference version of this paper [1], we introduced a
preliminary version of the UT algorithm presented in this paper.
However, the codebook used for direction estimation in [1]
was not optimized and a comprehensive performance analysis
of the proposed scheme was not provided in [1]. Hence, this
paper significantly extends [1] towards a mature UT scheme
for IRS-assisted mmWave systems.

The remainder of this paper is organized as follows. In
Section II, we introduce the considered system model. The UT
algorithm and the codebook design are presented in Sections
II and IV, respectively. Finally, Sections V and VI report our
numerical results and conclusions, respectively.

Notations: Lower case and upper case bold letters denote
vectors and matrices, respectively. The transpose and conjugate
transpose of matrix A are denoted by AT and A, respectively.
The i-th element of vector a is denoted by [a];, and the element
in the ¢-th row and j-th column of matrix A is denoted by
[A]; ;. The distribution of a circularly symmetric complex
Gaussian random vector with mean vector x and covariance
matrix A is represented by CN(x, A) and the imaginary unit
is denoted by j = v/—1. The all-zero vector of length n, the
all-one vector of length n, and the identity matrix of size n X n
are denoted as 0,, 1,, and I,, respectively. The complex
conjugate, absolute, and expected values of a scalar = are
denoted by x*, |z|, and E{x}, respectively. The main diagonal
vector and the rank of a matrix X are denoted as Diag(X)
and Rank(X), respectively. The Hadamard (element-wise) and
Kronecker products are denoted by ® and ®, respectively. The
cardinality of set M is denoted by |[M|. N, R, R,, and C
denote the sets of natural, real, positive real, and complex
numbers, respectively. For any real number z, |z denotes the
floor of x. Finally, the big-O notation is denoted by O(-).

II. SYSTEM MODEL

We consider the IRS-assisted mmWave communication
system illustrated in Fig. 1. In this downlink' system, a BS
transmits data to a mobile user who is located in an area
to which no LoS path from the BS is available throughout
the considered time frame. The BS and the user device
are equipped with uniform planar arrays (UPAs) comprising

! Alternatively, user tracking could be performed in the uplink. For a
reciprocal channel, the performance would then be equivalent to that of
the considered downlink scheme. In particular, the beamformers at the BS
and the user and the IRS reflection gain impact the end-to-end channel gain
and, hence, the direction estimation accuracy, equally in uplink and downlink.
The data transmission can be performed in uplink or downlink, independent
of the user tracking. However, for ease of presentation and without loss of
generality, we exclusively consider downlink user tracking and downlink data
transmission in this paper.

Beam Switching
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Figure 1. The considered system consists of a BS, an IRS, and a user that
moves within an obstructed area. The direct link between the BS and the user
is blocked.

Qps = Ups,1 X @Bs,2 and Qug = Qug,1 X QUE,2 elements
with spacing dpg and dyg, respectively, and both employ
analog beamforming. We equip the considered communication
environment with a Cartesian coordinate system, cf. Fig. 1,
such that the BS UPA lies in the z-z plane and the BS and
user UPAs are centered at Cartesian coordinates pgg € R® and
puk(t) € R3, respectively. Both pyg(t) and the orientation of
the user UPA change as functions of time ¢ and are not known
to the BS.

The situation illustrated in Fig. 1 in which no LoS between
BS and user is available commonly arises in mmWave systems
due to the pronounced attenuation of high-frequency signals.
To mitigate this lack of a direct signal propagation path, a
passive IRS to which a LoS link from the BS is available is
employed to assist the communication. The IRS comprises
QIRS = QIRS,I X QIRS,Q unit cells of sizes Ayc = dI2RS and
is centered at pirs = [71rs, YIRS, 2irs] T € R3. For simplicity
of presentation and without loss of generality, in this paper,
we assume that the IRS is square, i.e., Qrs,1 = Qrs,2 = @,
and lies in the y-z plane, i.e., orthogonal to the BS UPAZ,

In principle, the direction of the user relative to the IRS at
time ¢ can be described in terms of the azimuth and elevation
angles of pyg(t). However, for the problems of estimating and
tracking the direction of the user studied in this paper, it is
beneficial instead to consider the direction of pyg(t) relative to
the line prrs + a[1,0,0]T, a € Ry, i.e., the normal direction
of the IRS. To this end, we introduce the notation [0, ¢]T,
where 6 and ¢ for any [z,y,2] € Ry x R? are defined as
0 = arctan (Y=482) and ¢ = arctan (2=21%). Furthermore,
whenever it is necessary to consider the azimuth and elevation
angles in the following, we use the classical definition, where
the elevation angle € is the angle between the direction vector
and the normal vector of the respective array, and the azimuth

2The latter assumption is not critical for the theory developed in this paper.
It is introduced mainly for notational convenience and can be removed by a
slight generalization of the notation.



angle « is the angle between the horizontal and vertical axis
of the direction vector projection onto the array plane.

A. Time Block Structure

BS, IRS, and user communicate in the considered system in
transmission blocks (TBs) of fixed length T'. Hereby, the TBs
are enumerated by k € Ny and the starting time of each TB
k € Ny is denoted as t;, = kT. The TB structure proposed in
this paper, which is identical for all TBs, is shown in Fig. 2. In
the first sub-block of length Ty of each TB k, the so-called
user configuration (UC) sub-block, the user’s beamformer is
updated. Regularly updating the user’s beamformer is necessary
to account for the time-varying user direction and user UPA
orientation. However, since the number of antennas of the user
device is typically small in practical systems, the user UPA’s
beams are rather wide and, consequently, a single update of the
user’s beamformer per TB is considered sufficient. The second
sub-block of length Tipg of each TB, called IRS direction
estimation (IDE) sub-block, is used for estimating the direction
of the user relative to the IRS. In the IDE sub-block, the
BS repeatedly sends a pilot sequence, while the IRS cycles
through different IRS beam patterns, i.e., codewords. Based on
the received signals for the different IRS configurations, the
user performs the direction estimation (and feeds the estimated
direction back to the BS). The remaining part of each TB
consist of 17 € N pairs of channel estimation (CE) sub-blocks
and data transmission (DT) sub-blocks, where each CE and DT
sub-block is of length T and T, respectively. Since the end-
to-end communication channel between BS and user is affected
by small-scale fading, the end-to-end CSI is estimated in the
CE sub-blocks on the timescale of the channel coherence time
Teon to facilitate data detection in the DT blocks. We note that
since in the considered system an LoS is always available from
the BS to the IRS, the BS’s beam can be statically aligned with
the LoS direction towards the IRS. Since no reconfiguration is
needed during the system’s operation, no time resources need
to be allocated in the TB structure for configuring the BS.

Considering the proposed TB structure, two different time
scales are employed for CE on the one hand and UC and IDE
on the other hand. Specifically, similar to [29], CE is carried
out frequently, while UC and IDE are performed comparatively
infrequently3. The duration of one TB is T = Tyc + Tipe +
N(Tce + Tpot). To ensure that the end-to-end channel is quasi
static during UC, CE, and DT, the IRS configuration can
only be changed directly before each UC sub-block at times
t =t} and directly before each CE sub-block at times t, ,, =
ty + Tuc + Tipe + £(Tce + Tpr), & = 0,...,n — 1, but
not within any UC, CE, or DT sub-block. Furthermore, the
IRS phase shift configurations are drawn from the direction
estimation codebook Mpg for the IDE sub-blocks and from
the data transmission codebook MpT for all other sub-blocks.
For simplicity, we assume that the IRS can be reconfigured
instantly without any delay and that a low-rate control link is
used by the BS to configure the IRS according to the UT and
data transmission scheme detailed in the following sections.

3Since the end-to-end channel is a scalar value, the overhead and complexity
required for CE are low, see Section V-B1 for details.
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Figure 2. Transmission block & in the proposed block structure.

B. User Tracking

Since the IRS typically comprises many unit cells, it can
create narrow reflection beams, e.g., as compared to the user’s
UPA beams. Consequently, the received power at the user is
very low when the IRS beam is not aligned with the user
direction. Hence, the IRS beam pattern needs to be updated
even when the direction of the user changes only slightly and,
to this end, it is beneficial if the BS keeps track of the user’s
current direction.

In the user tracking scheme proposed in this paper, the IRS
beam is adapted to changes in the user’s direction also within
one TB in order to avoid huge drops in the received signal
power due to beam misalignment between two consecutive
IDE blocks. To this end, the BS extrapolates the user’s current
direction at each ?; ., s = 1,...,17— 1, based on the direction
estimates obtained in the IDE sub-blocks of previous TBs
k' < k. In this way, the IRS phase shifts are reconfigured
frequently and changes in the user’s direction are accounted
for within the same TB.

C. Signal Model

The downlink signal received at the user from the BS at any
time ¢ is given by [5]

r(m, t) = £ (k] (HLQ(m)Hufsss(t) + n(0)), (1)
where fyp[k] € C@ve, fzg € C@8s, s(t), and n(t) ~
CN(0gyy, %10,y ) denote the beamforming vector at the user
in TB k = |t/T'], the beamforming vector at the BS, the BS
transmit signal, and the additive white Gaussian noise (AWGN)
at the user, respectively. Furthermore, H, € CQueX@rs and
H; € CQmrs*@ss represent the IRS-to-user and the BS-to-
IRS channels, respectively. Moreover, we define the end-to-
end channel as heoe = ng [k]H,Q(m)Hfgg, where diagonal
matrix €(m) contains the reflection coefficients of all IRS
unit cells for codeword m and m is drawn from either
Mpt or Mipg. For notational convenience, we further define
w(m) = Diag(Q2(m)).

The beamformer at the BS, fgg, is set to align with the (static)
LoS direction from the BS to the IRS. For the beamformer
at the user, fyg[k|, we assume that it is obtained from a DFT
codebook having a size equal to the number of user antennas
Qug*. Specifically, in each UC block, the BS repeatedly sends
a pilot sequence while the user cycles through all candidate
codewords from the DFT codebook. During the testing of all
candidate codewords for UC, the IRS unit cell phase shifts
are fixed to one single codeword. Finally, fyg[k] is selected

4For an overview of this and alternative combining approaches see [30].



as the codeword that resulted in the highest received power.
For a pilot sequence of Nyc symbols, each of length Ty, the
duration of the UC sub-block is Tyc = QueNucTs.

D. Channel Model

The channels considered in this paper comprise only a few
multi-path components, due to the high path loss at mmWave
frequencies. Furthermore, since the BS-to-IRS and IRS-to-
user channels are assumed to be unobstructed, the respective
LoS paths are dominant. To account for additional multi-path
components, we assume that there are Ly and L, scatterers
at fixed positions in the BS-to-IRS and IRS-to-user channels,
respectively. Consequently, the channels can be characterized
according to a geometric channel model, where the channel
matrices follow a Rician distribution, see also [31].

The BS-to-IRS and IRS-to-user channel matrices
are constructed as H; = AtEtAES and H, =
AUEErAfI, respectively [5]. Here, steering matrices
A; = [a(¥;1),....,a(tir,+1)], ¢ € {UE,t,r,BS}, contain
the steering vectors a(1p; ;) for the angle of arrival (i = ¢, UE)
or the angle of departure (i = BS,r) ¢;;,l € {1,...,L; + 1}
of propagation path (i, 1), and diagonal matrices 3;,4 € {t,r},
contain the path gains associated with channel 3.

For any device I € {BS,IRS, UE}, every direction relative
to I is defined as 1p; = [ay, 7], where o and €; denote the
corresponding azimuth and elevation angles, respectively. The
steering vector for 1p; is then given by [26]

a(;) = ai(y;) @ ax (),
.2md Qr,—1

where [a, ()], = eJTIA“w’)X(f % +(q71)), for ¢ €
{1,...,Qru}, 1 € {1,2}. Here, A denotes the wavelength
and Ay (¢;) = sin(ey) cos(ar) and As(1p;) = sin(ey) sin(ay)
define the phase differences between adjacent array elements
in horizontal and vertical direction, respectively. For conve-
nience, and in slight abuse of notation, we use the notations
a(¢rg) and a(tp) interchangeably, where ¥ = [0, @] is given
in the 0, ¢ coordinates defined above and [airs, €irs] is

mapped to [0, $] as ajrs = arctan (\/tan2(9) +tan2(¢))

and €gs = E:E((Z;) + % (1 —sign (tan(¢))). The
attenuation of the electromagnetic waves along any propagation

path is modeled here as free space path loss, i.e.,

A 2
Ei = (N ) ' ta 9
[ ]u (U ’l4ﬂ'6i7l) S { l"}

where v;; and d;;,1 € {1,...,L; + 1}, denote the reflection
coefficient and the distance that the electromagnetic waves
travel along path (7,1), respectively. Assigning, without loss
of generality, index 1 to the LoS directions, e.g., ¥s1
corresponds to the LoS direction from the BS to the IRS,
the ratio of the gain of the LoS path to the cumulative gain of
all other paths is denoted by
(Xl

Ki=——tLl e ft ).
Litl ; ’
s il

Remark 1. The proposed direction estimation scheme pre-
sented in Section III is based on the assumption that only the

(@)

arctan (

3

“

LoS path is present. However, in order to assess the robustness
of the proposed algorithm, we consider scatterers, which are
likely present in real-world environments, for the performance
evaluation in Section V.

E. Codebook Model

We recall from above that Mipg denotes the codebook
used to configure the phase shifts of the IRS unit cells in the
IDE sub-blocks and assume, similar to [26], [32], that the
phase shift vectors for the horizontal and vertical directions
are adjusted separately. Even though the full flexibility of the
IRS is not available under this assumption, it is critical in
order to reduce the computational complexity of the beam
design. Specifically, only 2@Q) phase shifts need to be optimized
as compared to Q? phase shifts when optimizing the phase
shift of each unit cell individually. Consequently, the phase
shift vector corresponding to codeword m € Mipg, w(m),
factorizes into a horizontal and a vertical component as follows

&)

where w;(m1),wa(mz) € CP denote the IRS phase shift
vectors in horizontal and vertical direction, respectively, and we
can write m = [my, mso]”, where my, mo € {0, ..., M—1} and
M denotes the codebook size in both horizontal and vertical
direction. According to this codebook construction, Mpg
comprises |Mipg| = M? codewords.

To further simplify the codebook design and facilitate real-
time applications, in this paper, we employ the same beam
shape w € C% for each codeword, such that the presented
codebook design problem, cf. Section IV, has to be solved only
once per codebook and not for each codeword individually.
Consequently, we have

w(m) = wy(my) ® wa(ma),

wy(my) = wm O wp,
T (©

)

4ndiRgmpu ) 1
—g -7

. S AmdiRs™mp
i( (e e
=wpm O [e AM s ey € AM

i.e., waq is rotated towards direction 1),,,, that is defined as
. 2my, A

the solution to'A“('tpm) = - s M € {1,2}, where

1, is defined in terms of the 6, ¢ coordinates and A, (9m)

has been defined above.

III. CODEBOOK-BASED DIRECTION ESTIMATION AND
USER TRACKING

In this section, we propose a novel scheme for estimating
and tracking the user’s direction relative to the IRS. To this
end, we first specialize the received signal model in (1) for the
transmission in the IDE sub-blocks, cf. Section II-A. Then, we
investigate how the received signal in the IDE sub-blocks can be
utilized to estimate the user’s current direction and how, based
on the direction information from multiple consecutive IDE
sub-blocks, the user’s direction can be extrapolated at times tj,
and ¢y, ,;, cf. Sections II-A and II-B. The framework proposed in
this section is applicable for any direction estimation codebook
Mipg and a specific design of Mpg is introduced later in
Section IV.

For further reference, we define the direction in which the
reflection gain of the IRS, configured with codeword m, for



an impinging wave from the BS (i.e., from direction 1)y 1), is
maximal as

O1rs(m)
$1rs(m)

Prs(m) = [ ] = arg mgx\aH(d;)Q(m)a(d;t,l)L

(N

A. Measurements for Direction Estimation

Due to the propagation properties of electromagnetic waves
at mmWave frequencies, it is often possible to approximate the
received signal (1) by only the LoS path contribution, while
ignoring the remaining multi-path components [2]. We apply
this approximation for the theoretical analysis in the following,
yet, as pointed out in Remark 1, all multi-path components
are considered in the performance evaluation of the proposed
scheme in Section V. Considering only the LoS contribution,
(1) is approximated for any user direction v, ; = 1 as follows

r(m, t) ~ gm(¥)Es(t) + filplkIn(t), (8)

where gm (1)) = al(1)2(m)a(vp;1) denotes the IRS reflec-
tion gain for the virtual LoS path. Furthermore, the combined
influences of the LoS component of the end-to-end channel,
the BS beamforming, and the user combining are represented
by the scalar value

§= fIIJ{E[k]a(wUEJ)[Er]m[Et]l,laH(’les,l)st- ©)]

Rewriting 1 using the notation introduced in Section II,
ie, ¥ = [0,¢]T, we notice that the right-hand side of (8)
comprises three unknown scalar parameters, namely angles 6
and ¢ and coefficient £&. Hence, for fixed values of 6, ¢, and
&, and even in the absence of noise, i.e., for n(t) = Og,, at
least three independent measurements are required in order to
estimate 6, ¢, and £. To obtain such independent measurements,
for our proposed direction estimation scheme, we assume that
during each IDE sub-block the IRS is configured with different
codewords from Mipg, while the same pilot sequence of
length N, s € C¥, is repeatedly sent by the BS. For each
considered codeword, we collect N samples of the received
signal, one for each pilot symbol, in vector rp,, € C and then
utilize these rp, to estimate the user’s direction as detailed in
the next subsection. Denoting the set of codewords utilized for
direction estimation in TB k by Mj, C Mipg and recalling
that the symbol duration is denoted by Ty, the duration of each
IDE sub-block for the proposed direction estimation scheme
is giVCl’l by TIDE = |Mk|NTS

B. Direction Estimation

To estimate the user’s direction 1), we first recall that in
addition to ) also £ is unknown. Furthermore, we assume
that a proper direction estimation codebook (subset) for TB
k, My, is available; we will detail later in Section III-D how
M. can be constructed. Then, the likelihood function for
and ¢ under the set of observations {ry, tmeaq, is defined as

L&) = [ fOorml,9),

meM,y

(10)

where

1
f(rm|¢,£) - (WQUEO'2)N (11)
e (= g It~ m(W)6513).

is the probability density function of a vector of complex
Gaussian random variables with mean vector gy, (1)&s and
covariance matrix QugoIy.

The joint estimation of 1) and & according to (10) results in
a complicated non-convex problem that is in general infeasible
to solve. However, since our main goal is determining 1), an
estimate for ¢ is actually not needed. Hence, in order to reduce
the computational complexity of estimating v, we modify
the likelihood function by eliminating the irrelevant nuisance
parameter & as [33]

£($) = max L%, €) (12
and define the peak ML estimate of b, 1/3, as
W = argmax L(2), (13)

where H C R? denotes the set of hypotheses to test for P
In contrast to £, £ can be computed for any 1 € H, since
the following closed-form expression can be obtained

L(p) = L, E()), (14)

where . -
s Zme/\/{k gm(¢)s I'm

)= NPrxlgm(B)P

and Prx denotes the transmit power at the BS. Egs. (14)
and (15) follow directly from differentiating the logarithm of
L1, €) with respect to £ and equating the resulting expression
to zero.

Despite the availability of (14) and (15), the computational
complexity of evaluating (13) is still very high, since L£(1)) is
in general not a convex function of . Consequently, a grid
search is required to compute 1 in practice, i.e., H needs to
be reduced to a finite set, and the accuracy of the grid search
depends on the particular choice of H. Furthermore, depending
on the expected direction of the user in TB £, i.e., depending
on our prior belief about 1), different choices of H may be
preferable. Since this prior belief depends also on the estimated
directions of the user in previous TBs, we allow 7 to vary
from TB to TB and denote by

Py, = arg Jnax L(Y),

15)

(16)

the peak ML estimate of 1) obtained under the set of hypotheses
H;.. In the remainder of this section, we first make the notion
of the aforementioned prior belief about ) rigorous, before
we specify Hj, explicitly.

Remark 2. The direction estimation accuracy is lower bounded
by the resolution of grid Hy. In high SNR scenarios, i.e.,

SFor an overview on eliminating nuisance parameters see [34].



when the observations ry, are strongly correlated with ¥, a
subsequent gradient ascent step starting from the direction
Yy, could be used to further increase the direction estimation
accuracy beyond the grid resolution. However, this process is
well established in the literature (e.g., [20]) and not considered
here.

C. Extrapolation of the User Direction

In this subsection, we utilize the direction estimates v,[;k
obtained in TBs k < k’ to extrapolate the user’s direction to
time interval [ty/,tr41], where we consider some fixed TB
k' > 0. The extrapolated direction is then used to select a
set of hypotheses H-41 and a codebook M for direction
estimation in TB k’+1 according to Section III-B. Furthermore,
it is also utilized to configure the IRS for CE and DT in block
k' and for UC in block &’ + 1.

Since in practical scenarios users can exhibit very heteroge-
neous movement patterns, we propose the following generic
n-th degree polynomial regression model for extrapolating the
user’s direction at time ¢ € [ty tgs 1]

1
b= |0 g, | |
tn

where 'zzk/(t) denotes the extrapolated user direction in (6, ¢)
coordinates and the first and second row of coefficient matrix

B, € R**("+1) correspond to coefficient vectors b,:f and
b,(f), respectively. Limiting the number of considered past

direction estimates to Sp.x in order to neglect old, less
correlated measurements, the coefficients By minimizing tl~16
mean square error (MSE) between the direction estimates 1),
and the trajectory polynomial are obtained as

k'

By = argrél/in % Z HlLk - @(%)H;

k! k=k'—S+1

(18)

where S = min{Spax, &' + 1}. Since (17) is a linear function
in By, the closed-form solution of (18) is readily obtained as
[35, Ch. 3]

o I(n) 77 TIL(O)
T oo To(n I,
(bg)) | | ) (”+1) :(1) |

Ht.(n) Ht(n.—l— 1) -+ IL(2n) Hl,.(n)
19)

where we have applied the definitions I1;(p) = ZZ/: k541 the

IL(p) = Z],z:k,_S_H oth, for v € {6,¢}, and ¢, =
Ok, o™,

Based on vy (t), for any codebooks Mpg, MpT, we are
now able to determine the codeword that is best-aligned with
the extrapolated direction of the user at any time ¢ € [tg/, tg/41]-
In particular, we select

~ 2
mPl, = arg min || (t.) —msm)| . 20)

k €{0,...,n}, to configure the IRS at the beginning of each
CE, DT, and UC sub-block in [t, tx 1]

Remark 3. For the proposed trajectory extrapolation scheme,
we need to choose the number of considered measurement
points Spax, as well as the order of the polynomial n.
Both these parameters have clear physical interpretations;
Smax is directly proportional to the interval over which the
autocorrelation of the user’s movement is considerably high
and n is proportional to the number of turns that the user is
expected to perform during this time. Hence, in practice, the
parameters of the proposed scheme can be selected based on
intuitive considerations. In Section V, we consider a Kalman
filter baseline scheme (see Fig. 9). For the Kalman filter to
achieve good accuracy, it is critical to choose the process noise
and measurement noise models properly (for more details see
Appendix C), which can be very difficult in practice [36]. Hence,
one advantage of the user tracking scheme presented in this
section as compared to model-based tracking schemes like
the Kalman filter is that the proposed scheme requires only
the selection of two integer values, whereas, for example, the
Kalman filter entails many more degrees of freedom. We will
confirm in Section V that in terms of estimation accuracy the
proposed scheme is comparable to the much more complicated
Kalman filter.

D. Codebook and Grid Construction

In this section, we discuss how the extrapolated user trajec-
tory can be utilized to properly select the direction estimation
codebook M1 € Mipg and the set of hypothesis H/ 1
for direction estimation in time block k' + 1, cf. Section III-B.

To this end, we define

-~ 2
IDE -
my; 7y = argmin || Yp (t1) — 'l»bIR.S(m)H ;2D
meMipg 2
i.e., mPF, denotes the direction estimation codeword whose

main direction ¥rs(m) is closest to the extrapolated user’s
direction at the beginning of the IDE sub-block in TB k' + 1.

Both M1 and Hjs 41 are constructed in the following from
IDE

my; .

+a) Construction of Mjs41: Given that the trajectory
extrapolation as described in the previous section is accurate
and by its definition in (21), codeword m}PF, € Mpg is
likely to yield a strong received signal for direction estimation
in TB k' + 1. We exploit this observation to further collect
those codewords from Mipg for direction estimation whose
beams most overlap with m}cl?fl, i.e., the codewords adjacent to
mg?fl. According to the construction of Mipg in Section II-E,
the set of the (2y + 1)2 — 1, v € {0,...,|(M — 1)/2]}
codewords adjacent to m;?F, is given by

MZy = {me M Jm —miPR| <) @2)

where v denotes the maximum difference between codeword
indices. Hence, the larger ~ is chosen, the more distinct
measurements are available for direction estimation in TB
k' +1. On the other hand, increasing - leads also to an increase
in Tipg, i.e., the overhead for direction estimation increases.
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Figure 3. Visualization of the hypothesis grid Hy/; with H = 10.

For the remainder of this paper, but without loss of generality,
we set v = 1 and obtain My, = M;j)ﬂ

According to this definition of My, and since Mipg
is constructed by linearly shifting a predefined beam shape,
cf. Section II-E, the main beam directions of the codewords
m € M,y relative to m;>F, are arranged as depicted in
Fig. 3.

b) Construction of His41: The angular spacing between
the codewords in My, can be approximated from (6) by
evenly dividing the range of the phase difference between the
array elements, A, () € [—1,+1], u € {1,2}, by the number

of codewords M, i.e., A = 2 180 [deg], ignoring distortions
for large angles. Since we consider 2y 4 1 = 3 adjacent

codewords for each dimension, the total width of the range
of directions that is covered by Mj/41 in each dimension is
R = 3A. In order to span the hypothesis space Hy 1, we
define equally spaced grid points within this range as

R h—1
On = Oms(mp ) — 5 + R,
R i1 @3
D —
O = ¢IRS(mk’£1) D) + Rﬁ7

for h € {1,...,H}. Finally, Hy 41 is defined as Hy 41 =
{(0h17¢h2) | h17h2 € {17 7H}}

E. Integration of Direction Estimation and User Tracking into
Time Block Structure

Now, since all steps of the proposed direction estimation and
user tracking algorithm have been introduced, we are ready
to summarize the scheme and integrate it into the proposed
time block structure. To this end, we first note that in order
to initialize the direction estimation in the first TB according
to Section III-B, the codebook M and the hypothesis set g
are required. Since for k&’ = 0, no information about the user’s
direction at ¢( is available from previous direction estimates,
we assume that some initial access procedure is established to
determine m{P¥
m%)DE can, for example, be obtained by a full codebook search,
see [37]. Also, in the same manner, the initial codeword mODT
can be obtained.

Based on the results from Sections III-B to III-D the
proposed IRS-assisted downlink communication scheme is

summarized in Algorithm 1.

from which M and H, are then constructed.

Algorithm 1 Proposed User-tracking Scheme

1: Input: m{PE, mdT

2: Initialize: £k =0

3: repeat

4:  Select IRS codeword mPT
(UC sub-block).

5 Determine user combining fug[k] (UC sub-block).

6:  Select mi°® according to (21) or m{°" if k = 0 and initialize

M, and H, (IDE sub-block).

7: Estimate user direction as 1), according to (16) (IDE sub-

according to (20) or mSTifk=0

block).

8: Compute coefficient matrix By according to (19) (IDE sub-
block).

9: Set k =0

10:  repeat 7 times N

11: Extrapolate user direction as ), (tx,) and select mj |
according to (20).

12: Perform end-to-end channel estimation (CE sub-block).

13: Transmit data (DT sub-block).

14: k=r+1

15:  end repeat

16: k=k+1

17: until User exits the obstructed area.

IV. DIRECTION ESTIMATION CODEBOOK DESIGN

The direction estimation and user tracking scheme developed
in the previous section is, in general, compatible with any
choice of direction estimation codebook Mipg. So, in principle,
one could use the same codebook for direction estimation as
for data transmission. However, while the main requirement
for the design of the data transmission codebook Mpr is
to maximize the reflection gain, i.e., the SNR, the codebook
requirements for direction estimation are different (as we will
discuss further in this section) and, in general, it is beneficial to
use two different codebooks for data transmission and direction
estimation, i.e., Mpg # Mpr. Since no codebook design for
IRS-assisted direction estimation is available in the literature,
in this paper, we propose a novel codebook design.

To this end, we first propose an approximate theoretical
model for the expected direction estimation error for a given
codebook. Then, we utilize this model to generate a novel
codebook based on a modified beam shape that is specifically
optimized for IRS-assisted direction estimation.

A. Direction Estimation Error Analysis

According to Section III-D, the range of user directions to
be estimated in TB k is [QIRS(m}CDE) — %A, Oirs (m}CDE) +

%A] X [(bIRS(m}CDE) — %A, ¢IRs(m}€DE) + %A} = ’}:lk. Since
the direction estimation problem is identical for any m!PE,
we may assume without loss of generality firs(miP¥) =

érs(mIPE) = 0. Then, the expected squared direction

estimation error® for a given user direction 1) can be written

5The MSE realized with a given estimator is not necessarily identical to the
corresponding CRB and, hence, it is in general preferable to minimize the MSE
directly instead of the CRB [10], [11]. However, which of the two approaches
to select can in practice also depend on the mathematical and/or computational
tractability of the respective problem formulation and optimization.



as

MSEj () = / 16— ' Bpg, (@), (24)
Hye

d%,,Pr {1,5;C < '«,b/} and the peak ML
estimator 1), has been defined in Section III-B. Since we
make no prior assumptions with respect to where the user is
located within the range of possible directions #y, the expected

mean squared direction estimation error in Hy, is given as

1
MSE;, = WJ MSE}, (1) dap.

where p; (') =

(25)

Here, the challenge for computing (25) lies in evaluating the
probability of equivocation Pajy (1), since 1)y, is a highly non-
linear function of the noisy direction estimation measurement
signal ry, as defined in Section III.

In order to develop a first-order approximation for p,; ("),
let us consider a single codeword m and a given measurement
signal ry, first. Then, since ry, is impaired by white Gaussian
noise, cf. (11), from all hypothesis directions ', the ML
estimate corresponds to the one with the smallest Euclidean
distance ||rm — gm(¥)¢s||2. Unfortunately, it is in general
not clear how this Euclidean distance relates to p,; ("), since

the mapping of ry,, to ik imposed by the ML estimator
is highly nonlinear and p; (1') can, hence, in general
not be directly computed from the probability to observe
rm. However, since gm (1) is a continuous function in '
(according to the steering vectors a()’) in Section II), it can
be approximated as a linear function in a neighborhood of v,
.0 gm(W') = gun (1) + gl () (8 — '), where gL, denotes
the complex-valued derivative of gy, () with respect to ) and
we have assumed that 1)’ is close to 4. In this case, since the
complex-valued Gaussian noise in ry, is circularly symmetric,
it can be decomposed into a component parallel to g., ()
and a second component that is orthogonal to g, (¢), where
both components are zero-mean real-valued Gaussian random
variables with variance o2. Then, the ML estimate of Y is
the projection of ry, onto the line cg.,(¢), ¢ € R, i.e., the
probability of equivocation between 1) and 1)’ depends solely
on the parallel noise component and is independent of the
orthogonal noise component. In this case, the probability for
obtaining a particular direction estimate 1)’ is proportional to
the probability of the corresponding parallel noise component,

ie.,
_ Nesl |2
p’lz)k (1/1’) X exp (_ ||gm(w)éSCQUEg:2(w )§S||2> , (26)

where o indicates proportionality. Considering the general
case when multiple codewords are available and applying the
obtained first-order approximation to (24), we arrive at the
following approximation

MSE, (1) ~ Co / I — /|13
Hy,

S — "esl|2
I oo (- Lme —0m@ IR 1

2 o2
mEM, Que

=: MSE;,(9), @7)

where Cj is some positive scaling constant. Accordingly,
we define the following approximate mean squared direction
estimation error for Hy,

NMSE, = ) / NISE, (1) dep, (28)

He
where (' is a positive scaling constant that is irrelevant for
the following optimization. We will confirm in Section V that

despite the approximate character of (28), it is indeed a useful
criterion for practical direction estimation codebook design.

B. Beam Shape Optimization

In this section, we leverage the approximation of the direction
estimation error derived in the previous section in order to
optimize the IRS beam shape w for direction estimation.
The optimal beam shape minimizing MSEy, w’, is defined
as follows’

W’y = argmin @k, (29a)
WM
st |wmlil?=3* Vi, (29b)

with the constant unit cell response factor g.

Since MSE}, is not a convex function of w ¢, (29) cannot be
solved efficiently. However, (29) can still be exploited to find
a beam shape that is locally optimal in some neighbourhood of
some existing b h O wh © 1d f 1

g beam shape w;, where w),; could for example
be a linear or a quadratic phase shift profile [26]. To this end,
we write

why =g [exp(ip1); - - ., exp(ipg)], (30)

and for any beam shape wq, we define the vector-valued
phase shift function p(wa) = [p1,...,p0]T € R? and its
inverse function p~1(-). Note that constraint (29b) is fulfilled
automatically when using (30) to define w 4.

With these definitions, we equivalently reformulate (29) in
terms of p(waq) and define the locally optimal phase shift

vector in the neighborhood of any given phase shifts p (“"581))
as
* 0
(o)~

where p, € RE, l\fS\Ek depends on p, via the beam pattern
wym = p t(py), and § > 0 is set small enough such that

MSEj is convex in the considered neighborhood of p ("’581) .

Eq. (31) can be solved efficiently as described in Appendix

A. The locally optimal beam w, (wS&))

as Wiy (w‘fj = p~1(-). We will confirm in the following

section that (41) indeed leads to a beam shape that is superior
to existing beams in terms of the achieved direction estimation
error.

arg min 1\TS\E;C , 3

ool lpo-o{t) <

is then obtained

"Note that w’  is independent of k since the optimization for different
values of Hy, differ only in terms of by how much w’ , is shifted, but not in
terms of its optimal value.
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SIMULATION SETTINGS.

PBS [0,0,10] m Qirs,1, QIRs,2 40, 40 T 15s
Pirs _ [—40,40,5] m di,da A2 Tce + Tp 1.29 ms
rc [0,40,0] m QBs, QUE 16x4 , 2x2 Ts 4.16 ps
1,72 10 m, 5 m Ly, Lt 4,4 Ky, Ky 10,10
v 5 km/h Smax 3 o2 - 120 dBm
NipE 5 n,y 1,1 fe 28 GHz
5000 o : 7T
—— Prop. Design II \\
=== Quad. Codebook 7 /"\\ \
40004 === Lin. Codebook ,I/ \ \\
) \ \
------- Coverage Area 4 \\
\
: 1 W
~ 3000+
£
E
— 2000
1000
0

0 [deg]
Figure 4. The beam shapes for the proposed direction estimation codebook
design (green), the quadratic codebook (red), and the linear codebook (blue)
for different horizontal user directions, i.e., different values of 6. Furthermore,
the desired coverage area is indicated (dotted vertical lines).

V. PERFORMANCE EVALUATION

In the following, the proposed direction estimation and UT
schemes are numerically evaluated. First, in Subsection V-A,
the direction estimation codebook design presented in Sec-
tion IV is evaluated considering the direction estimation
problem separately. Then, in Subsection V-B, the complete
direction estimation and UT scheme as introduced in Section III
is numerically evaluated. The simulation parameters used in
this section are collected in Table I.

A. Direction Estimation

In this section, we first present the beam shape generated
by the local optimization procedure from Section IV-B. Then,
the direction estimation performance of the codebook obtained
from this beam is evaluated and compared to a benchmark
codebook from the literature.

1) Beam Shape: Fig. 4 shows the beam amplitudes |gm (1))]
for different horizontal directions § as generated by the linear
codebook, the quadratic codebook [26], and the direction
estimation codebook design presented in this paper, all for
an IRS of size Q = 40 and M = 25. For the proposed design,
the quadratic phase shift profile, that is also given as benchmark,
is used as the initial phase shift profile w j&) . The quadaratic
phase shift profile is defined as [26]

(Aﬁm

2Q
where m € {0,..,.M -1}, Aj = %, Bm mAS, and
I} min{4, A\/dirs}. We observe from Fig. 4 that the
direction estimation beam shape proposed in this paper, i.e.,

wa(AOA)) as defined in Section IV-B, is broader as compared

27dirs

Pa ="\

—I—ﬁmq) ,q€{1,...,Q}, (32)
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Figure 5. Average direction estimation error for the quadratic (red), the

proposed direction estimation codebook (blue), and random phase shift
configurations (green) for different MSNRs. The proposed ML-based approach
is compared to the MUSIC algorithm.

to the linear and quadratic reference beams. The broad beam
shape is intuitively advantageous for direction estimation, since
the entire considered direction range is supplied with sufficient
power to accurately estimate the user’s actual direction. In
contrast, the considered reference beams are optimized for
data transmission which benefits from a concentrated high
SNR at the center of the beam. An important observation is
that, unlike both reference designs, the proposed design does
not have sidelobes within the considered range. Intuitively,
this avoids scenarios, where several adjacent angles 6 yield a
similar reflection gain gy, (#), which results in similar reflection
gain hypotheses that are likely to be confused by the direction
estimation algorithm. Finally, we observe from Fig. 4 that
the maximum gain of the proposed beam is lower than the
maximum gains of the reference beams. However, we will
confirm in the following section that the negative effect of
the smaller amplitude is more than compensated for by the
advantages of the proposed beam design in terms of the
direction estimation performance.

2) Performance: Different codebooks may lead to different
reflection gains and therefore different SNRs at the receiver,
even if all other system parameters are identical. Hence, to
compare the direction estimation performances of different
codebooks, we first define the maximum signal-to-noise ratio
(MSNR) as follows

§292 . Prx

MSNR = x (33)
ag

i

where gmax = gQ%. The MSNR is a codebook independent
quantity corresponding to the maximum achievable SNR at the
receiver for the optimal IRS phase shift configuration. Then,
for several randomly generated test directions v within the
boundaries of some hypothesis set Hy, i.e., ¥ € Hp., and
different codebooks, the IDE as presented in Section III is

~ 2
performed and the squared error H’(/) B 'sz is evaluated.
2

Fig. 5 shows the average direction estimation error obtained
for the quadratic reference codebook and the direction estima-



tion codebook proposed in this paper, respectively®. Further-
more, we compare the proposed direction estimation approach
from Section III-B to the MUSIC estimation algorithm from
[12] for random IRS phase shifts, as proposed in [12], as well
as for the two considered codebooks. A detailed description of
the MUSIC algorithm is provided in Appendix B. Additionally,
the MSE for a random guess of a point in H and the lower
bound MSE, when always selecting the closest hypothesis
direction from Hy, are plotted. We note that since for very low
MSNRs, the presented direction estimation method tends to
mistake the far left and far right sections (with respect to the
coverage area) of the considered beams, due to their similar
reflection gains, the resulting MSE may be worse than an
unbiased random guess in this case.

We observe from Fig. 5 that for increasing MSNRs the
MSE decreases. This is intuitive, since the noise becomes
less detrimental as the MSNR increases. Furthermore, we
observe that the MUSIC algorithm with random IRS phase
shifts performs worst. The main reason for this is that the
reflection beams for random IRS phase shifts are misaligned
with the user, resulting in low SNR at the receiver. Also,
the proposed direction estimation codebook outperforms the
quadratic reference codebook over a wide range of MSNRs
for both considered direction estimation schemes (ML and
MUSIC), while both direction estimation schemes approach the
random guess and the lower bound for low and high MSNRs,
respectively. For all considered codebooks, the proposed ML-
based scheme outperforms the MUSIC algorithm. However, the
MUSIC algorithm may have a lower computational complexity
in practice [10]°. Therefore, in scenarios where the compu-
tational complexity is strictly limited, the MUSIC algorithm
may be a viable alternative. Fig. 5 confirms that the direction
estimation beam shape design presented in Section IV is
superior to existing reference beam designs in terms of direction
estimation performance.

B. Performance of UT Scheme

In this section, we compare the average realized SNR during
data transmission and the effective rate obtained with the
proposed UT algorithm, cf. Section III, and three baseline
schemes. For data transmission and direction estimation, we
adopt the quadratic codebook design and the proposed direction
estimation codebook design, respectively.

Specifically, the SNR is evaluated as follows

_ [0 (kL Q(mP ) Hfiss(t)

SNR(t , 34
®) Qugo? 9

and the effective rate is defined as
R(t) = (1 —T")logy(1 4+ SNR(?)), (35)

8Using the linear codebook results in large intervals between the narrow
main lobes of the codewords, where the direction estimation performs so poor
that its average performance would be difficult to illustrate in one plot with
the two considered codebooks. Hence, the linear codebook is not considered
in Fig. 5.

9For more details on the relationship between ML and MUSIC estimators,
see Section VI in [10].
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where I' denotes the overhead ratio. The specific value of
I" depends on the employed transmission scheme as will be
discussed below.

The following three baseline schemes are considered. First,
the focusing baseline has perfect CSI knowledge and aligns
the reflected beam to the LoS direction at all times. Second,
we consider a perfect codeword selection that employs the
codeword resulting in the highest received power at all times
without any delay. Third, the hierarchical codebook search
operates in two steps during each IDE block. In the initial
step, a codebook with few, but wide codewords is considered,
where each codeword covers a relatively large area. The BS
repeatedly sends a pilot sequence while the IRS cycles through
all available codewords in each IDE block. Subsequently, a
codebook with more but narrower beams is utilized, where each
codeword covers a subspace of the codewords from the previous
step’s codebook, focusing only on the beams corresponding
to the previously determined approximate direction. In both
steps, the codeword that results in the highest received
power is selected. A possible practical implementation of the
hierarchical codebook search is presented in [38]. To obtain
upper bounds on the performance of the considered baseline
schemes, we consider "perfect" versions that optimally select
the codeword that provides the largest reflection gain. Therefore,
all baseline schemes track the correct (approximate) direction of
the user at all times. For all baselines, the BS and user antenna
beamforming are carried out as for the proposed UT scheme.
The results have been averaged over 12 different movement
trajectories, each simulated 10 times to account for different
noise realizations. For each trajectory, we collect 3000 random
noise samples, resulting in a representative total number of
data points considered in the evaluation. Simulations in which
a permanent user connection could not be maintained by the
system were excluded from the evaluation, since those cases
would be dealt with on a higher protocol layer than the physical
layer in any real-world application. However, the percentage of
excluded simulations, denoted as loss probability, is reported
for all simulations. The quadratic codebook design is used for
all reference schemes and for Mpt and the proposed codebook
design method from Section IV is used to generate Mpg.

1) Overhead: Next, we classify the overhead ratio I' for
each of the considered schemes before we discuss the numerical
results.

a) Proposed UT Scheme: We recall from Section II that
the duration of the CE sub-block is Tcg = Ncgls, where
NcE is the number of pilot symbols for the end-to-end channel
estimation. Since the parameter estimated in the CE block, &, is
a scalar that does not scale with the number of IRS unit cells,
the required number of pilot symbols for channel estimation is
constant, e.g., Ncg ~ O(1), resulting in a short Tog. Overall,
for the proposed UT scheme,

_ Tuc + Tioe + 1Tce

r
T

(36)

b) Focusing Baseline: The TB structure of the focusing
baseline scheme consists of alternating CE and DT sub-blocks,



resulting in a relative overhead of:

B
TCE

[p=__CB__
" T8 + Ty

(37

where T5; = NEgTs with pilot sequence length N5 For this
baseline, the individual channel of each IRS unit cell (H, and
H;), from now on called the full channel, needs to be estimated.
The number of unknown channel parameters of the full channel
scales with the number of IRS unit cells and conventional
channel estimation would require the pilot sequence length to
scale with the number of unknown channel parameters. As this
is too resource expensive, and potentially infeasible to perform
within the channel coherence time, compressed sensing (CS)
methods can be used. We do not analyze compressed sensing
methods in this paper, but from [39] it can be concluded
that the required number of pilot symbols scales as N5 ~
O (LrLtln(QIRS))~

¢) Hierarchical Search Baseline: For the hierarchical
search baseline, we assume that there are L codebook levels
and each codeword in a lower level covers the range of Nyg
codewords in the next level. In the first codebook level, all
Mpysg /Nésc_1 codewords are considered, where Mg is the size
of the final codebook level. In all Lc — 1 remaining codebook
levels, Nyg codewords are considered, if only the best result
of the previous level is selected. In summary, the overhead
time is given as Tys = Tcg (MHS/ZVIQSC*1 + Nus(Lc — 1))
and, hence,

_ Tyc +Tus + musTcr
B T

Lus (38)
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where nyg is the number of CE and DT sub-blocks for the
hierarchical search baseline.

d) Perfect Codeword Selection Baseline: The overhead
and, hence, the effective rate of the perfect codeword selection
cannot be determined exactly, since it is a purely theoretical
bound with potentially infinite overhead. However, for
comparison, in the following we utilize an approximation of
the overhead incurred in the perfect codeword selection based
on its scaling order.

The exact numerical value of the overhead for each consid-
ered scheme depends on many factors in the system model
and employed algorithms, which makes it infeasible to obtain.
Hence, for the following numerical evaluation, the length of
the pilot symbol sequences are approximated by their scaling
orders, i.e., Ncg = 1 for the proposed UT scheme, the perfect
hierarchical search, and the perfect codeword selection, and
N&; = L.Lin(Qirs) for the full CSI estimation in the
focusing baseline. For the hierarchical search, we assume a
codebook depth of L = 2 and that each codeword in the lower
codebook level covers Nyg = 4 codeword in the succeeding
codebook level.

2) User Tracking Evaluation: For the following evaluation,
several possible movement trajectories, linear as well as
nonlinear movements, were simulated.
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a) Linear Movement: We first consider linear movement,
which occurs in many practical scenarios, such as a person
traveling along a straight street. Fig. 6(a) illustrates the average
SNR during data transmission for the proposed UT scheme
and the considered baseline schemes!®. For the proposed
UT scheme, the perfect hierarchical search, and the perfect
codeword selection two different codebook sizes are considered.
As expected, the focusing baseline achieves the highest SNR
among all considered schemes. This result is intuitive, since
the IRS reflection gain is maximized towards the actual LoS
user direction in the focusing baseline. For all other schemes,
the realizable reflection gain depends on the codebook size.
Naturally, a larger codebook enables narrower beams with a
larger reflection gain. Consequently, we observe from Fig. 6
that the codebooks of size M = 40 achieve a higher SNR than
those with codebook size M = 30. For both codebook sizes,
the proposed UT scheme performs very close to the optimum,
i.e., the perfect codeword selection, while the performance of
the hierarchical search baseline is comparatively worse. This
observation is readily explained by the fact that the codeword
selection in the hierarchical search baseline is quickly outdated
since it is performed only once towards the end of each TB.
Furthermore, it can be observed that the loss probability for
the proposed UT scheme goes to zero for all but very small
transmit powers. Hence, a recovery procedure is not needed to
track linear movements.

Fig. 6(b) shows the average effective rate for all considered
schemes for different transmit powers. We observe from
Fig. 6(b) that, due to its low overhead, the proposed UT scheme
outperforms all considered baseline schemes in terms of the
average effective rate.

The observations in this section confirm that the key features
of the proposed UT scheme, namely the user direction extrapo-
lation algorithm presented in Section III and the direction
estimation codebook design from Section IV, indeed lead
to competitive performance of the proposed scheme when
compared to baseline schemes.

b) Nonlinear Movement: To explore the limits of the
proposed UT scheme, we consider now a highly nonlinear
movement trajectory, similar to the one introduced in [40].
Specifically, the user is assumed to move inside a circular area
with radius r; and center r¢. Starting at a random point on the
outer boundary of the blocked area, the user moves linearly
towards the center until it reaches a distance of 7o, ro < 71,
to the center. Then, it follows a circular trajectory around
the center in a counter-clockwise direction. At a randomly
determined direction, the user again adopts a linear trajectory
away from the center until leaving the blocked area. Hence, the
user trajectory comprises first a linear, then a nonlinear, and
then a second linear part, with abrupt (non-smooth) direction
changes between the individual parts.

In Fig. 7(a), the average SNR for nonlinear movement is
presented, with otherwise the same simulation setup as for
the linear movement evaluated in Fig. 6. We observe from
Fig. 7(a) that the average SNR obtained with the proposed

10The range of considered transmit powers is relatively large to show the
asymptotic behaviour for error-free UT in high SNR scenarios.
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Figure 6. Performance averaged over several iterations of linear movement.
(a) Average SNR. (b) Average effective rate.

UT scheme is still slightly larger than that of the hierarchical
search baseline. On the other hand, the gap in terms of SNR
to the perfect codeword selection is increased as compared
to the linear movement. In general, a large codebook with
narrow beams requires more frequent changes of the employed
codeword. Hence, the gain obtained by employing user direction
extrapolation in the proposed scheme as compared to the perfect
hierarchical search baseline is greater for M/=40 than M=30.

The loss probability of the UT algorithm employing the
larger codebook is zero for most values of the transmit power,
similar to the linear movement case. However, for the smaller
codebook, a non-negligible loss probability persists even for
large transmit powers. Since the tracking loss of a user is a
multi-factorial event, it is in general not possible to attribute it
to any single event. However, since no tracking losses occur for
the linear movement, some losses in the nonlinear scenario can
be attributed to the aforementioned challenges in predicting
the nonlinear user trajectory, especially when the user direction

changes abruptly, i.e., when the trajectory is highly non-smooth.

We will confirm this hypothesis towards the end of this section
in the discussion of Fig. 9.

Fig. 7(b) shows the average effective rate for the considered
nonlinear movement as a function of the transmit power. We
observe from Fig. 7(b) that the focusing baseline performs
worse compared to the other considered schemes, similar
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Figure 7. Performance averaged over several iterations of nonlinear movement.
(a) Average SNR. (b) Average effective rate.

to the linear movement case. For both codebook sizes, the
proposed UT scheme still achieves a higher effective rate than
the hierarchical search baseline, but the gap is slightly decreased
as compared to the linear movement. Finally, we observe from
Fig. 7(b) that the proposed UT scheme always outperforms the
perfect codeword selection in terms of effective rate.

Before evaluating the accuracy of direction extrapolation, in
Fig. 8, we show the estimated angles for a short 10 second time
window for the proposed UT scheme and linear movement.
The solid lines represent the ground truth direction, the dots
represent the estimated direction, and the dashed lines show
the predicted direction using a linear prediction polynomial,
i.e., n = 1. One can observe that in the first TB from O to 1
second, accurate prediction is not possible. This is expected,
since at least two direction estimates are required to uniquely
fit a first-order polynomial. However, once two observations
are available after the second IDE block, the linear prediction
closely aligns with the user’s true movement path.

Completing the discussion in this section, we now study the
specific challenges for trajectory extrapolation in the considered
nonlinear movement scenario in more detail. To this end, Fig. 9

~ 2
shows the direction prediction error Hz,bk(t) *¢UE,1(f)H
2

(averaged over several realizations of the noise) for transmit
power Prx = 100mW for an exemplary nonlinear user
trajectory for the proposed trajectory extrapolation scheme
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and a Kalman filter, which is described in Appendix C.
We compare three different curves. The proposed scheme is
evaluated for Sp.x = 2 (blue) and Sy,.x = 3 (green), and, in
addition, we consider the Kalman filter baseline (red). For all
three schemes, the prediction is regularly updated in the IDE
sub-blocks, leading to a comparatively low prediction error
directly after each IDE sub-block, since the obtained direction
estimates are very reliable. Then, the direction prediction error
increases during the subsequent extrapolation phase (CE, DT,
and UC sub-blocks) before decaying again in the next IDE
sub-block. During the initial linear movement section, the
prediction works seamlessly, resulting in a low error. However,
directly after transitioning to the nonlinear movement section,
previous direction estimates are not informative of the new
movement trajectory. This leads to comparatively large errors,
that reduce again after sufficiently many new direction estimates
are obtained. Finally, we observe that, after transitioning into
the second linear movement section, the prediction error first
increases (since, as in the first transition, the trajectory at the
point of transition is non-smooth) before reducing again to a low
value. These observations confirm that the transitions between
the different movement patterns as well as the nonlinear part
of the user trajectory render the prediction less reliable as
compared to the linear movement scenario.

Apart from this general performance trend that is identical
for all three considered schemes, some differences between the
individual schemes can be observed. For the proposed scheme,
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the speed at which the trajectory extrapolation adapts to the
altered movement patterns (at the transitions from linear to
nonlinear movement and vice versa marked by the two dotted
lines in Fig. 9) depends on the number of considered past
direction estimates Sp,ax, namely the prediction error reduces
quicker after each transition for S,,x = 2 than for Sp.x = 3.
The Kalman filter performs similar to the two realizations
of the proposed scheme. However, as discussed before, the
performance of the Kalman filter depends on the proper choice
of parameter values (especially the process noise) that may
be difficult to select in practice (see Remark 3 in Section III)
[36]. Hence, we conclude that the proposed scheme provides
a good trade-off between generality and accuracy.

From the results presented in this section, we conclude that
the proposed UT scheme still delivers competitive performance
both in terms of the average realized SNR and the average
effective rate even for nonlinear user movement which is
notoriously difficult to predict. Furthermore, it is confirmed
that a higher codebook resolution in terms of the number of
codewords is required to effectively serve nonlinearly moving
users as compared to linear moving ones.

VI. CONCLUSION

In this paper, a novel codebook-based UT algorithm has
been presented. Specifically, we introduced a peak ML-based
direction estimation method and a direction extrapolation
scheme that tracks general user movements by adapting a
trajectory estimate to several past direction measurements.
The proposed algorithm utilizes the extrapolated trajectory
to predict the future directions of the user and anticipates
if a codeword change benefits the average achieved SNR,
improving the average SNR compared to baseline schemes
with less frequent IRS configuration updates. The impact
of the employed IRS codebook on the direction estimation
error has been theoretically analyzed and the results of this
analysis were utilized to generate a codebook optimized for
direction estimation. The proposed user tracking algorithm
benefits from the novel codebook design, specifically adapted
to the considered direction estimation problem and has a low
overhead due to the trajectory extrapolation based updates of
the employed codeword between two direction estimates. Our
numerical results show that both the proposed UT scheme and
the proposed optimized codebook design outperform various
baseline schemes. Hence, we believe that the proposed schemes
present a significant step towards the effective utilization of
IRS-assisted communication systems for serving mobile users
with arbitrary movement trajectories.

Interesting topics for further research include the considera-
tion of multiple simultaneously moving users which are served
over non-orthogonal channels and the usage of multiple IRSs
for user tracking and direction estimation. Furthermore, we
suggest to consider other approaches to replace the polynomial-
based trajectory extrapolation scheme to further improve the
trajectory extrapolation accuracy. Especially neural network
based approaches are interesting, as they may be able to learn
the exact street pattern specific to each location.



APPENDIX
A. Solution of (31)

The derivative of 1\//[-S\E;€ with respect to each p; is computed

as follows
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where we have omitted the proportionality constant and set
without loss of generality a(t; ;) = 1g2. The derivative in
the last term of (39) can be further simplified as follows
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Since in (40) only wx depends on p;, MSEk can be

computed very efficiently using numerical mtegratlon Then,

(0)

to find p* (w ) gradient descent can be applied as follows

o, T = L T !¢V, MSEy, (41)
where [ € Ny, p (wf&) [p .. 4)8 ]T, ¢ denotes the step

size, w € (0 1], and (41) is apphed until the stopping criterion
[Jw! CVMSEkHQ < v is achieved for some p > 0, I’ € Ny.
The locally optimal beam w’}, (wm

<o>) _ ([pgm’___ v >])

Wiy (wM PG
B. MUSIC Algorithm

In the following, we describe the MUSIC algorithm baseline,
which is based on the theory from [12]. The MUSIC algorithm
estimates the user’s direction based on the pilot signals that
are received from codewords m € M as described in
Section III-B. Specifically, in each IDE block k, all received
signals from codewords m € M, are collected in vector ry,. In
[12], randomly generated IRS configurations are employed, but
in Section V, the proposed codebook design and the quadratic
codebook design are also evaluated. Now, for ease of notation
of the MUSIC algorithm, we denote the vector containing the
nipg-th pilot symbols of all considered codewords m € Mj
as ryi0%o. The sample covariance matrix is then given as
follows [12]

) is then obtained as

Nipg

E ryosic (Phvvsic
nipp=1

H 42
NIDE ) 42)
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The eigenvalue decomposition of S is given by S = UAU#,

where A = [A1, A2, ..., A\ pqypp|] cOntains the eigenvalues in
decreasing order and U = [uy, Uy, ..., Ujprq,,,|] contains the
eigenvectors. Also, we define U = [uy, ..., ujrq, ). The
MUSIC direction estimator is given by [12]
1
W), = arg max —— , (43)
peHr afjygic(¥) UU  aqusic ()

where anusic () € CIM=l contains the expected received
signals gm (1)€(¢)[8]npy Of all codewords m € M, and we

assume that [s], is identical for all nipg.

C. Kalman Filter

In this appendix, some details on the Kalman filter algorithm
that is used as a baseline in Fig. 9 are provided. The
Kalman filter follows the same block structure as described
in Section II-A. The following is based on the Kalman filter
theory presented in [41]. In each TB k, the Kalman filter
involves three steps: ~

a) Step 1: Measure the direction ). This is done as
described in the proposed approach (see Section III-B).

b) Step 2: Update the current estimate using the state
equations. The state update equations are given as follows

-1
Ky =Py Hg (HPyp HL +Ry) . (44)
X = Xpgh—1 + Kg (UJk - Hka\k—1) ; 45)

and
Py = (I — KpHi) Py, (46)

where K, € R**? is the Kalman gain, Xplh—1 = [0,9,¢),¢3]T
is the state vector containing the direction (6,¢) and the first
derivative of the direction (6,¢), the observation matrix is

1
H,—H-— 0 0 O’
0010

and R;, € R?*? is the covariance matrix of the measurement
noise. Furthermore, Py, € R**4 denotes the covariance matrix
of the prediction error of x; after the observation of '&k (a-
posteriori), while Pz, € R**% is the covariance matrix of
the error of x; before the observation of JJk (a-priori).

c) Step 3: Predict the next state using the equations

(47)

Xplh—1 = Fr_1Xp—1, (48)
and
Pt =Fe 1P FL_ + Quo, (49)
where the state update matrix is
1 T 0 0
01 0 O
F,=F= , 50
g 00 1 T 0
0 0 0 1

and Qy, is the process noise. It is a known issue that the
proper selection of Q, is critical for the performance of the
Kalman filter [36]. Theoretically, the process noise should
be low in linear movement sections and high in nonlinear
movement sections, where the movement trajectory and speed
may change, or when the user changes the movement path. For
the Kalman filter results shown in Fig. 9, we set Qj = U%(’QI4



and Ry, = o gla, where we selected 0% ¢ and of;  such
that the MSE is minimized. Note that this optimal selection is
not possible in general in practice.
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