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Abstract
Recent years have witnessed significant progress in multilin-
gual automatic speech recognition (ASR), driven by the emer-
gence of end-to-end (E2E) models and the scaling of multilin-
gual datasets. Despite that, two main challenges persist in mul-
tilingual ASR: language interference and the incorporation of
new languages without degrading the performance of the ex-
isting ones. This paper proposes LoRA-Whisper, which in-
corporates LoRA matrix into Whisper for multilingual ASR,
effectively mitigating language interference. Furthermore, by
leveraging LoRA and the similarities between languages, we
can achieve better performance on new languages while uphold-
ing consistent performance on original ones. Experiments on a
real-world task across eight languages demonstrate that our pro-
posed LoRA-Whisper yields a relative gain of 18.5% and 23.0%
over the baseline system for multilingual ASR and language ex-
pansion respectively.
Index Terms: multilingual speech recognition, language ex-
pansion, Whisper, LoRA

1. Introduction
Automatic speech recognition (ASR) has traditionally concen-
trated on transcribing speech into written text for single lan-
guages [1–5]. Nevertheless, as the demand for cross-lingual
communication grows and vast multilingual datasets [6–9] be-
come more accessible, attention has recently turned towards the
development of massively multilingual ASR models. With the
emergence of large-scale multilingual speech recognition mod-
els such as Whisper [10], Google USM [11], and MMS [12],
individuals now have the opportunity to construct customized
multilingual speech recognition models tailored to specific
languages based on these foundational models.

However, two significant challenges are still yet to be ad-
dressed in multilingual ASR. One is language interference, pri-
marily stemming from language overlap, data imbalance, di-
alectal accents, etc. Another challenge involves incorporating
new languages without compromising the performance of ex-
isting ones. To resolve the former problem, there are a series of
previous works attempting to mitigate this issue by leveraging
language ID information [13,14] or designing language-specific
modules [15–21] such as languages-specific encoders to differ-
entiate each language. Besides, some works [22–24] utilize
a pruning strategy in multilingual ASR with a dedicated sub-
model for each language, while others propose new sampling
methods [25] to address the data imbalance issue. Although
the methods mentioned above alleviate language interference
to some extent, they are somewhat cumbersome in design and
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fail to account for language expansion. When new languages
need to be integrated into a multilingual ASR system, a naive
approach is to fine-tune the ASR model using data from these
new languages. Unfortunately, this often results in catastrophic
forgetting, referring to the phenomenon that the recognition per-
formance of base languages tends to decline. To solve the above
problem, Li et al. [26] proposes lifelong learning [27] solution
which remedies the language interference problem by mixing
base language data and new language data. However, this ap-
proach is inefficient and time-consuming. Libera et al. [28] ex-
plores various continual learning methods [29–34] to address
the issue of catastrophic forgetting. While these approaches
have helped alleviate the problem, it still persists.

Towards this end, we introduce LoRA-Whisper, a
parameter-efficient and extensible model for multilingual ASR.
LoRA [35], originally introduced in natural language pro-
cessing (NLP), effectively customizes large language models
(LLMs) for specific domains. Drawing inspiration from this, it
can also be used to tailor speech recognition models for specific
languages. In practice, we assign a language-specific LoRA
matrix for each language. This approach allows shared infor-
mation across languages to be stored within the Whisper model,
while language-specific information can be captured in the re-
spective LoRA matrices. When incorporating a new language,
a new LoRA matrix is assigned for it, ensuring no impact on
the performance of existing languages. Furthermore, by capi-
talizing on the similarities between the new language and base
languages, we can enhance performance on the new language
through improved initialization of the new LoRA matrix or by
employing mixture of experts (MoE) [36]. Note that the foun-
dational model is not restricted to Whisper but can encompass
other open-source speech recognition models as well, we are
simply utilizing Whisper as an exemplar in this paper. In sum-
mary, the contributions of this paper are as follows:

• We propose LoRA-Whisper to mitigate language interfer-
ence and avoid catastrophic forgetting when incorporat-
ing new languages by attaching language-specific LoRA
modules to the Whisper model.

• By utilizing the similarity between languages, notable
performance improvement can be achieved on new lan-
guages via better initialization of the new LoRA matrix
or the employment of MoE.

2. Background
2.1. Whisper

Whisper [10] is an encoder-decoder Transformer model that
is capable of multiple speech tasks, including multilingual
speech recognition, speech translation, language identification,
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and voice activity detection. The input to Whisper is an 80-
dimensional log-Mel spectrogram of 30 seconds length X =
[x1,x2, · · · ,xT ] where T denotes the context length. The en-
coder blocks encode the input speech feature into hidden repre-
sentations H and the decoder blocks decode the hidden repre-
sentations into text tokens ŷ recursively conditioned on previ-
ous tokens and special prompts p. In formal terms, this process
can be illustrated as follows:

H = AudioEncoder(X) (1)

ŷt = TextDecoder (p, ŷ1:t−1,H) (2)

2.2. LoRA

LoRA [35] was initially introduced in the field of natural lan-
guage processing (NLP) as a means to effectively tailor large
language models (LLMs) for specific domains or downstream
tasks. It was observed that the weights of pre-trained LLMs
tend to exist mainly in a low-dimensional space. Taking in-
spiration from this observation, LoRA reduces the number of
trainable parameters by learning pairs of rank decomposition
matrices while keeping the original weights fixed. Specifically,
consider i-th feed forward layer fi(x) = Wix + bi, where
Wi ∈ Rd1×d2 and bi ∈ Rd1 denotes the frozen weight and
bias. By applying LoRA, the forward process is modified as:

fi(x) = (Wi +∆Wi)x+ bi;∆Wi = BiAi (3)

where Bi ∈ Rd1×r andAi ∈ Rr×d2 are the two trainable low-
rank matrices, with the rank r ≪ min(d1, d2).

3. Methods
In this paper, we mainly focus on tackling two challenges in
multilingual ASR: one is language interference and the other
is new language incorporation. Section 3.1 briefly outlines the
main issues to be addressed in this paper. Section 3.2 and Sec-
tion 3.3 introduce the methods used in multilingual ASR and
language expansion in detail.

3.1. Problem statement

In our research, n base languages are employed for the multilin-
gual ASR experiment, alongside an additional m new languages
for the language expansion experiment, which can be denoted
as S1 = {(Xi,Yi), i ∈ (1, n)} and S2 = {(Xj ,Yj), j ∈
(n + 1, n + m)} where Xi,Yi denotes the speech and tran-
scription of i-th language.

In the multilingual ASR experiment, the aim is to allevi-
ate language interference in S1 and improve the performance of
base languages. The goal of language expansion is to incorpo-
rate S2 into the multilingual model while maintaining the per-
formance of S1 unaffected, and leverage similarities between
S1 and S2 to enhance the performance specifically on S2.

3.2. Multilingual ASR

Applying LoRA in multilingual ASR is an effective approach to
mitigate language interference as shown in Figure 1. For each
language, a language-specific LoRA matrix is appended to the
encoder and decoder of Whisper. When the input is a piece of
speech of k-th language, it will activate k-th LoRA module and
pass through Whisper and the corresponding LoRA module in
the forward pass.

Under the LoRA-Whisper model, shared information
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Figure 1: Architecture of LoRA-Whisper in multilingual ASR

across languages resides within the original Whisper model,
while language-specific information is stored in the respective
LoRA module. As a result, not only is the language interference
problem skillfully avoided, but the performance of Whisper on
specific languages is also significantly enhanced.

3.3. Language expansion

Apart from mitigating language interference, LoRA can also
be naturally extended for language expansion, preventing catas-
trophic forgetting. Moreover, harnessing the similarities across
languages can facilitate more effective training for new lan-
guages. Consequently, we introduce two effective methods for
language expansion, namely LoRA warm start and LoRA MoE
as depicted in Figure 2. These methods involve two steps.

Step 1: Find the most similar language When incorporat-
ing a new language into the existing model, we first randomly
sample M audio segments from the new language data. These
audio are then processed using the Whisper model for language
detection. The output provides a probability distribution over
all languages. In our experiment, the focus lies solely on the
languages employed in the aforementioned multilingual ASR
experiment. Specifically, we extract the probabilities associated
with these languages and normalize them, which can be denoted
as pi = [pi1, pi2, · · · , pin]; i = 1, · · · ,M . When incorporat-
ing a new language, the most similar language to it can be found
by measuring the similarity between the new language and base
languages, which is defined as follows:

simk =

∑M
i=1 I(k = argmax

j
pij)

M
for k = 1, · · · , n (4)

where I is indicator function and simk is the defined similarity
between new language and k-th base language.

Step 2: Continual training on new languages After find-
ing the most similar one, we can leverage the information from
base languages to facilitate the training of the new language. In
LoRA warm start, the new LoRA matrix is initialized from the
LoRA matrix of its most similar language. In LoRA MoE, two
LoRA modules are selected in the forward pass to assit in the
training of the new language.

In general, aside from avoiding the issue of catastrophic
forgetting, LoRA-Whisper enables the exploitation of similari-
ties between new language and base languages, leading to better
performance on the new language.
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Figure 2: Architecture of LoRA-Whisper in language expansion. Left: LoRA warm start, Right: LoRA MoE

4. Experiments
4.1. Dataset

Our experiments are conducted on MLS dataset [6] and
FLEURS [7] dataset as shown in Table 1. Due to limited
resources, we only focus on Polish, Portuguese and Italian
in MLS dataset. Similarly, five languages are selected from
FLEURS dataset, namely Chinese, Danish, Greek, Welsh and
Japanese. Four languages are employed in the multilingual ASR
experiment and the remaining four languages are used as new
languages in the language expansion experiment.

Table 1: Statistics of training and testing data (in hours)

Experiment Language Train Test

Multilingual ASR

Polish(PL) 103.0 2.0
Portuguese(PT) 160.0 5.0

Italian(IT) 247.0 5.0
Chinese(ZH) 9.7 3.1

Language expansion

Danish(DA) 7.5 2.9
Greek(EL) 10.0 1.9
Welsh(CY) 12.2 4.3

Japanese(JA) 7.4 2.4

4.2. Training configuration

We evaluate the performance of our proposed method on
Whisper-small. The impact of different LoRA rank on model
performance is studied as shown in Table 2. It can be seen that
best performance is achieved under r = 32. Hence, low-rank
matrices where rank r = 32 are added to the attention layer

Table 2: WER on MLS Polish under different LoRA rank r

Rank r 8 16 32 48 64
#LoRA param 3.2M 6.5M 13.0M 19.5M 26.0M

WER 9.00 8.54 7.94 8.00 8.00

{Wk,Wq,Wv} and fully-connected layer Wfc in each trans-
former layer in both encoder and decoder.

In the training stage, we fix all the parameters of Whis-
per and optimize the language-specific LoRA modules with
AdamW [37] with a peak learning rate of 1e-4. The number
of training epochs is set to 10. All models are trained with 2
NVIDIA RTX 3090 24GB GPUs. In the testing stage, beam
search with beamsize = 5 is employed to decode the test set.

4.3. Results and analysis

Multilingual ASR The results of multilingual ASR are sum-
marized in Table 3. It can be observed that monolingual full
fine-tuning yields optimal outcomes at the cost of training
and maintaining four systems, leading to higher maintenance
costs. In contrast to monolingual full fine-tuning, multilin-
gual full fine-tuning would lead to significant language inter-
ference issues when all training data are mixed together, with
the average WER increasing from 9.19% to 11.68% (Table 3:
E2 vs E3). Our proposed approach, LoRA-Whisper, effec-
tively eliminates interference between languages by incorporat-
ing language-specific LoRA matrices. In comparison to multi-
lingual full fine-tuning, LoRA-Whisper yields superior results
with fewer trainable parameters (Table 3: E2 vs E4). Fur-
thermore, when compared to monolingual full fine-tuning, it
achieves performance almost on par while requiring training of



Table 3: Comparison of Whisper-small and LoRA-Whisper in WER/CER for base languages.

ID Model Finetune #Train param PL PT IT ZH Avg
E1

Whisper-small
No - 10.90 13.82 20.43 9.25 13.60

E2 Full(multilingual) 240M 8.30 13.34 10.69 14.37 11.68

E3 Full(monolingual) 240M*4 7.65 10.21 10.27 8.64 9.19
E4 LoRA-Whisper LoRA 13M*4 7.94 10.81 10.49 8.82 9.52

Table 4: Experimental results of language expansion. E1 denotes the results of original Whisper model and E2 denotes the results on
base languages before language expansion. Full means multilingual full fine-tune with new language data and full+ means using both
new language and base language data. Seed model serves as an initialization for continual training.

ID Model Finetune
Seed

model
#Train
param

New languages Base languages
DA EL CY JA Avg PL PT IT ZH Avg

E1

Whisper-small

No E1 - 33.97 31.81 58.62 12.04 34.11 10.90 13.82 20.43 9.25 13.60

E2 No E2 - - - - - - 8.30 13.34 10.69 14.37 11.68

E5 Full E2 240M 38.88 26.08 32.90 15.46 28.33 17.25 25.56 17.41 68.93 32.29

E6 Full+ E2 240M 41.35 28.89 33.65 16.61 30.13 9.77 15.41 12.16 16.07 13.35

E7
LoRA-Whisper

LoRA E4 13M*4 28.28 22.84 30.63 10.11 22.97 7.94 10.81 10.49 8.82 9.52
E8 Warm start E4 13M*4 27.45 21.77 28.05 10.03 21.83 7.94 10.81 10.49 8.82 9.52
E9 LoRA MoE E4 13M*4 27.56 21.56 28.07 10.03 21.81 7.94 10.81 10.49 8.82 9.52

only 5% of parameters (Table 3: E3 vs E4).
Language expansion As can be seen from Table 4, when

adding new languages, fine-tuning the model solely with new
language data results in serious catastrophic forgetting, with
WER on base languages nearly triples compared to the pre-
vious result (Table 4: E2 vs E5). A simple way to mitigate
catastrophic forgetting is to mix a portion of original data with
new data, and then train the model on this combined dataset, as
indicated by E6 outlined in Table 4. For each base language,
we extract 5 hours of training data and merge them with new
language data. It can be seen that this can alleviate the phe-
nomenon of catastrophic forgetting to a certain degree but at
the sacrifice of performance on new languages caused by lan-
guage interference. The LoRA-Whisper we propose can solve
this problem in an elegant way. Without affecting the perfor-
mance of base languages, the LoRA-Whisper model can make
use of the similarity between languages to flexibly expand new
languages. Our proposed methods (LoRA warm start and LoRA
MoE) yield a relative gain of 23% and 5% over full fine-tuning
and LoRA fine-tuning respectively, demonstrating the efficacy
of our model (Table 4: E8 vs E5 & E7, E9 vs E5 & E7).

4.4. Ablation study

In language expansion, the most similar language to the new
language are chosen to assist in training. To validate the ef-
fectiveness of this approach, a series of experiments have been
conducted on LoRA warm start.

Utilizing Step 1 as illustrated in Figure 2, we can obtain
that Danish and Greek are most similar to Portuguese, while
Welsh and Japanese are most similar to Polish and Chinese re-
spectively. From Table 5, it is evident that the model attains
optimal performance on new languages when the new LoRA
matrix is initialized from the LoRA matrix of the most similar
language. Another noteworthy observation is that initializing

it with less relevant language’s LoRA matrix may result in de-
creased model performance compared to training from scratch,
underscoring the significance of selecting the most similar lan-
guage to the new one.

Table 5: Ablation study on LoRA warm start. - means the new
LoRA matrix is trained from scratch.

New
language

Most similar
language

Initialization
- PL PT IT ZH

DA PT 28.28 30.19 27.45 28.26 28.15

EL PT 22.84 23.1 21.77 21.81 22.19

CY PL 30.63 28.05 28.42 28.5 29.34

JA ZH 10.11 11.69 10.34 10.36 10.03

4.5. Limitation

The limitation of LoRA-Whisper lies in the model size will be-
come larger as the number of languages continues to increase.
Hence, future research will explore the sharing of LoRA within
multiple similar languages and expand to more languages.

5. Conclusions
In this study, we introduce LoRA-Whisper, a parameter-
efficient and extensible multilingual ASR model. By attaching
language-specific LoRA modules to the Whisper model, our ap-
proach effectively solves the problem of language interference
and achieves better language expansion via LoRA warm start
or LoRA MoE, allowing people build customized multilingual
speech recognition models based on these speech foundation
models. We hope that our study can facilitate the research on
language expansion in multilingual ASR.
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