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Abstract
Speech Self-Supervised Learning (SSL) has demonstrated

considerable efficacy in various downstream tasks. Neverthe-
less, prevailing self-supervised models often overlook the in-
corporation of emotion-related prior information, thereby ne-
glecting the potential enhancement of emotion task comprehen-
sion through emotion prior knowledge in speech. In this paper,
we propose an emotion-aware speech representation learning
with intensity knowledge. Specifically, we extract frame-level
emotion intensities using an established speech-emotion under-
standing model. Subsequently, we propose a novel emotional
masking strategy (EMS) to incorporate emotion intensities into
the masking process. We selected two representative models
based on Transformer and CNN, namely MockingJay and Non-
autoregressive Predictive Coding (NPC), and conducted exper-
iments on IEMOCAP dataset. Experiments have demonstrated
that the representations derived from our proposed method out-
perform the original model in SER task.
Index Terms: Speech representation learning, Emotional inten-
sity, Emotional masking strategy

1. Introduction
Self-supervised learning (SSL) based pre-training models such
as BERT [1], GPT [2], ALBERT [3], and data2vec [4] have
been instrumental in acquiring contextual information from
large-scale unlabeled data through meticulously designed pre-
training tasks. SSL models were initially used in Natural Lan-
guage Processing (NLP) and have now been extended to the
field of speech. The representations obtained using these mod-
els as feature extractors have proven to be very effective and
yield excellent results when applied to speech and language pro-
cessing (SLP) downstream tasks. Raw speech signals contain
a wealth of acoustic and linguistic information and are adept
at conveying speaker characteristics, emotions, and even in-
tentions. However, extracting these high-level attributes from
surface features such as log Mel spectrograms, Mel frequency
cepstrum coefficients, or waveforms is a major challenge. Self-
supervised modeling provides a solution that extracts high-level
representations from these surface features, allowing down-
stream tasks to easily access the potential knowledge embedded
in the original speech signal.

Speech Emotion Recognition (SER) [5, 6] is a crucial com-
ponent of human-machine interaction. With the advancements
in deep learning, some studies [7, 8] aim to learn emotion repre-
sentations from audio signals using neural networks [9]. How-
ever, compared to other common downstream tasks like Au-
tomatic Speech Recognition (ASR), SER datasets [10, 11] are
relatively smaller. Therefore, leveraging self-supervised pre-
training models to learn representations from a large volume

of unlabeled speech data and subsequently using these models
either as feature extractors or by directly fine-tuning the entire
model has become a common solution.

In the past few years, numerous researchers have delved
into the study of self-supervised models to obtain advanced rep-
resentations containing richer information. For instance, Mock-
ingjay [12] proposed unsupervised training to learn speech rep-
resentations without relying on any labels. This was achieved
by employing multi-layer transformer encoders and multi-
head self-attention [8] to enable bidirectional encoding. The
proposed Masked Acoustic Modeling was utilized to facili-
tate unsupervised learning of speech representations. Non-
autoregressive predictive Coding (NPC) [13], on the other
hand, relies on the local dependencies of speech in a non-
autoregressive manner to learn speech representations. This is
accomplished by introducing Masked Convolution Blocks. Hu-
BERT [14] utilizes an offline clustering step to provide aligned
target labels for a BERT-like prediction loss. A key element of
this model is the application of the prediction loss only in the
masked regions, compelling the model to learn the combination
of acoustic and language models on continuous input. Wav2vec
2.0 [15] masks speech inputs in the latent space and addresses
contrastive tasks defined by the quantization of jointly learned
latent representations.

Although self-supervised models have achieved success,
existing methods often overlook the incorporation of emotion-
related information during the pre-training process. Emo-
tions play a crucial role in human communication, and uti-
lizing emotion-aware representations can significantly enhance
the performance of emotion-related tasks, such as SER task.
Specifically, emotional intensity knowledge in speech has been
identified as a valuable factor that can further enrich the under-
standing of emotions [16]. We believe that pre-training tasks
incorporating emotion knowledge will contribute to a better un-
derstanding of emotions across the entire speech, thereby lead-
ing to improved performance in SER tasks.

In the field of NLP, certain studies strive to integrate both
textual and emotional knowledge into pre-training models. For
example, SentiLARE [17] injects word-level linguistic knowl-
edge, such as part-of-speech tags and sentiment polarity, us-
ing the label-aware mask language model pre-training task to
construct knowledge-aware language representations. Inspired
by the renowned masked language modeling, eMLM [18] in-
troduces a novel emotion-related pre-training objective. Rather
than masking tokens within the same input sequence indiscrim-
inately, it leverages lexical information to assign higher mask-
ing probabilities to words that are more likely to be pivotal in
emotional or affective contexts. In the field of speech, the Ves-
per [19] model introduces an enhanced emotion-specific pre-
training encoder. It undergoes pre-training on a speech dataset
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based on WavLM [20] while considering emotional features.
To enhance sensitivity to emotional information, Vesper adopts
an emotion-guided masking strategy to identify regions that re-
quire masking. However, the above works did not introduce
intensity knowledge, which can aid pre-training models in ac-
quiring more refined emotional information.

Introducing emotion intensity knowledge into a self-
supervised pre-training model faces two difficulties:
• Emotion intensity knowledge acquisition: obtaining emo-

tion intensity at the frame level from speech with emotions
using models.

• Pre-training task design: incorporating the acquired emo-
tion intensity information into the pre-training of self-
supervised models.

To address the above challenges, we propose an emotion-
aware speech representation learning method based on intensity
knowledge. Our approach aims to elevate the performance of
downstream tasks, particularly focusing on SER. Specifically,
we first extract frame-level emotional intensity scores using es-
tablished emotion extraction models. Secondly, by adopting a
strategy inspired by the introduction of emotion in NLP text
tasks, we propose an emotional masking strategy (EMS). This
method instructs the self-supervised model to identify frames
with heightened emotional intensity during the masking pro-
cess. Applying our proposed method to Mockingjay [12] and
NPC [13] models and utilizing the extracted advanced represen-
tations in SER tasks yields results that surpass the performance
of the original models. The primary contributions of this work
can be summarized as follows:
• We propose a novel emotion-aware speech SSL representa-

tion learning scheme.
• We extract fine-grained emotional intensity prior information

from speech and propose emotional masking strategy. We
select two classic SSL models, Mockingjay and NPC, as the
subjects of our research.

• Experiments have demonstrated that the representations de-
rived from our proposed method outperform the original
model in SER task and other related tasks.

2. Proposed Method
In this section, we initially introduce the task definition and
outline the overall workflow of the proposed method. Subse-
quently, we delve into the knowledge acquisition and training
task sections. Finally, we elucidate how the EMS is applied to
the Mockingjay [12] and NPC [13] models.

2.1. Task Definition and Overall workflow

Our task is defined as follows: given a speech sequence X =
[x1, · · · , xT ] of T frames, our objective is to obtain high-
level representations for the entire sequence, denoted as H =
(h1, h2, · · · , hn)

⊤ ∈ Rn×d, where d represents the dimension
of the representation vectors. The goal is to capture both con-
textual and emotional knowledge.

As shown in Figure 1, our proposed method consists of two
main components. Firstly, we employ an emotional intensity
extractor to obtain the emotional intensity scores of the original
audio. Subsequently, we use EMS to apply masks to both the
acoustic frames and emotional intensity. Next, the masked re-
sults are fed into a self-supervised pre-training model. During
training, the sum of the acoustic frames and emotional intensity
scores is input to the model, and the resulting high-level rep-

resentations are used for prediction through a prediction head.
The L1 loss is applied to optimize the model, considering the
prediction errors for both emotional intensity and the sum of
emotional intensity and original frames. The overall loss is for-
mulated as follows:

L = Lscore + Ljoint input (1)

2.2. Knowledge Acquisition and Pre-training Task

2.2.1. Knowledge Acquisition

This module is utilized to obtain the emotional intensity scores
for each frame of the input audio. We employ Strengthnet [21]
for this purpose, which comprises an acoustic encoder, an in-
tensity predictor, and an emotion predictor.

The acoustic encoder consists of 12 convolutional layers
that extract high-level features H from the given input mel-
spectrum sequence X . The high-level features H are then fed
into two predictors: one for predicting emotion intensity scores
and the other for predicting emotion categories. The intensity
predictor comprises a BiLSTM layer, two fully connected layers
(FC), and an average pooling layer, which reads the high-level
feature representation to predict emotion intensity scores. Sim-
ilar to the intensity predictor, the emotion predictor includes a
BiLSTM layer and an additional softmax layer. Using the en-
coder’s output, the emotion predictor can forecast emotion cat-
egories.

As the predicted emotion intensity scores and the acous-
tic frames extracted by the feature extraction layer of the pre-
trained self-supervised model may suffer from misalignment,
we address this issue by applying a linear layer to align them
before masking.

2.2.2. Pre-training Task

Given an input sequence of emotionally enhanced speech
Xk =

{
(xi, scorei)ni=1

}
, the objective of the pre-training

task is to construct emotion-aware representation vectors H =
(h1, h2, · · · , hn)

⊤ that can facilitate downstream emotion-
related tasks. We designed a novel supervised pre-training task
called Emotional Masking Strategy (EMS). This model incor-
porates frame-level emotional intensity scores during the pre-
training phase to capture dependencies between utterance-level
high-level representations and individual frames.

Unlike traditional masking strategies, such as the Masked
Acoustic Modeling (MAM) proposed by Mockingjay [12],
which uses a uniform probability (15%) to randomly mask
acoustic frames, EMS employs a non-random masking ap-
proach. We assign higher probabilities to frames with higher
emotion intensity scores. After calculating the intensity scores
for each frame, we sorted them and selected a probability value
of k to mask the positions corresponding to the top k% of the
frames. The choice of value for k is explained in detail in the
experimental section.

2.3. The pre-training model

We selected Mockingjay [12] and NPC [13] as our pre-training
models, whose core frameworks are Transformer and CNN, re-
spectively. If our method showcases an enhancement in SER
task performance across diverse frameworks, we contend that
this underscores the effectiveness of emotion representations
grounded in intensity knowledge.
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Figure 1: Proposed model architecture. The small rectangles in the figure indicate the frame-level emotional intensity scores or
acoustic features, those with numbers indicate emotional intensity scores, and the white parts indicate masked. The self-supervised
model represents the encoder part of the improved model.

2.3.1. Mockingjay with EMS

The Mockingjay [12] model utilizes a multi-layer Transformer
encoder with multi-head self-attention [8] for bidirectional en-
coding. Each encoder layer consists of two sub-layers: the first
is a multi-head self-attention network, and the second is a feed-
forward layer. Each sub-layer includes residual connections and
layer normalization [22]. The pre-training in Mockingjay is
similar to the masked language modeling in BERT [1] and is
conducted in a self-supervised setting. During the pre-training
phase, continuous time steps from the encoder outputs are ran-
domly masked. During training, the model adds a prediction
head composed of a two-layer feed-forward network to predict
the selected frames based on the left and right contextual infor-
mation.

We made modifications to the masking strategy of Mock-
ingjay [12]. During training, We select the top k% of frames
with the highest emotional intensity scores for masking. Simi-
lar to BERT [1], we introduce a sub-random process to improve
training by addressing the mismatch between training and infer-
ence, where masked frames are absent during inference. This
process involves three steps: 1) 80% of the time, we mask the
selected frames to zero, 2) 10% of the time, we replace the se-
lected frames with random frames, and 3) the remaining 10% of
the time, we leave the frames unchanged. Similar to the Mock-
ingjay model, to prevent the model from exploiting the local
smoothness of acoustic frames, we use additional consecutive
masking. This forces the model to make inferences about global
structure rather than relying on local information.

2.3.2. NPC with EMS

The NPC [13] model, to derive high-level features ht at
time t without global dependencies or autoregressive prop-
erties, restricts itself to depend only on the receptive field
(xt−r, . . . , xt, . . . , xt+r) with a size of R = 2r + 1. In NPC,
stacked convolutional blocks are used to build the representa-

tion extraction model. To ensure that the high-level feature ht

indeed represents xt, it is linearly transformed into yt to predict
xt. A vector-quantization [23] layer is employed as an infor-
mation bottleneck before the linear projection to obtain better
representations. The objective of NPC is to minimize the L1
discrepancy between the surface feature xt and the prediction
yt based on ht for all time steps

T∑
t=1

|yt − xt| (2)

To implement the desired restriction, NPC [13] introduces
the Masked Convolution Block (Masked ConvBlock), where
the kernel-wise convolution operation can be written as

(W ⊙D) ∗ Z (3)

with Z ∈ RT×d denoting the intermediate features from model
with sequence length T and dimension d,W ∈ Rk×d denoting
the learnable kernel weight with size k, and D ∈ {0, 1}k×d de-
noting the mask with each element dij = ⊮i≤ k

2
−m+⊮i≥ k

2
+m.

Similarly, we made modifications to the masking strategy
of the NPC [13] model. After obtaining the emotion intensity
scores for each frame, we determine which part of the con-
volutional kernel the higher emotion scores mainly appear in.
Specifically, for each iteration of the acoustic frames with the
size of the convolutional kernel, we record the emotion scores
of each position traversed by the kernel. After completing the
traversal, we identify the position in the kernel with the high-
est average emotion intensity score and set its corresponding
weight to 0.

3. Experiments and Results
3.1. Dataset

We fine-tuned the modified models using the Interactive Emo-
tional Dyadic Motion Capture (IEMOCAP) [10] dataset con-



Table 1: Accuracy of the Mockingjay with EMS model on the
SER task(%).

Method ACC (↑)

Mockingjay 50.28

Mockingjay with EMS

(15%) 55.94
(20%) 55.76
(25%) 57.42
(30%) 55.85
(35%) 56.12
(40%) 56.96

sisting of approximately 12 hours of data, comprising 5 dyadic
sessions performed by 10 professional actors. One session in-
volves a conversation between two exclusive speakers.

During the SER evaluation, we followed the common eval-
uation protocol proposed by SUPERB [24], using the widely
used SER dataset IEMOCAP. We excluded the unbalanced
emotion categories and focused only on the neutral, happy, sad,
and angry categories. The evaluation was conducted on the
standard split five folds using cross-validation.

3.2. Experimental Setup

Mockingjay For the Mockingjay [12] model, we trained with
the same parameters as in the original paper for a total of 950k
steps. Subsequently, we fine-tuned the model for an additional
10k steps using the IEMOCAP [10] dataset with different mask
probabilities. The choice of mask probabilities ranged from the
original 15% and increased in 5% increments up to 40%.
NPC For the NPC [13] model, we trained with the same param-
eters as in the original paper for a total of 325k steps. Following
that, we fine-tuned the model for an additional 10k steps using
the IEMOCAP [10] dataset. As NPC employs Masked Con-
volution Blocks for masking, with an original mask size of 5,
we explored the impact of different mask probabilities on the
experiments by selecting two additional mask sizes, 7 and 9,
which were proposed to perform well in the original paper.

3.3. Results on the SER Task

Table 1 compares the performance of Mockingjay [12] on the
IEMOCAP [10] dataset with different fine-tuning probabilities.
The numbers in parentheses represent the masking probability.
From the table, it can be observed that the results with mask-
ing probabilities ranging from 15% to 40% outperform Mock-
ingjay’s SER results. Specifically, the model fine-tuned with
a 25% masking probability demonstrates the best performance,
achieving a 7.14% improvement over the original model results.

Table 2 compares the performance of NPC [13] on the
IEMOCAP [10] dataset with different mask sizes during fine-
tuning. The numbers in parentheses represent the mask size.
Additionally, we compared the impact of different inputs on the
model during fine-tuning. ”Separate Input” does not sum emo-
tion intensity scores and acoustic frames; instead, they are sepa-
rately input into the self-supervised model. ”Joint Input” repre-
sents summing both and inputting the combined result and emo-
tion intensity scores separately into the self-supervised model.
From the table, it can be observed that both joint and sepa-
rate inputs lead to improved accuracy for NPC in the SER task.
Among them, joint input performs the best, achieving a 3.06%
accuracy improvement over the original model results. When
the mask size is 7 and 9, the accuracy of the SER task decreases.

We believe that a larger mask convolutional kernel may capture
more emotional information but could lead to the loss of signif-
icant acoustic information.

Table 2: Accuracy of the NPC model with EMS on the SER
task(%).

Method ACC (↑)

NPC 59.08
NPC with EMS(7) 47.10
NPC with EMS(9) 50.04
Separate Input(5) 60.56

Joint Input(5) 62.14

Table 3: Results of the Mockingjay model with EMS on inten-
tion recognition and phoneme classification tasks(%). IC de-
notes Intent Classification, PR denotes Phoneme Recognition,
and FSC denotes Fluent Speech Commands dataset. LS denotes
LibriSpeech dataset.

Task IC PR

Dataset FSC LS

Model ACC (↑) PER (↓)

Mockingjay 34.33 70.19
Mockingjay with EMS(15%) 38.84 63.03
Mockingjay with EMS(25%) 45.35 63.38

3.4. Analysis on Generalization Ability

Generalization to Other Downstream Tasks: In addition to
the SER task, we also selected two other diverse tasks to ex-
plore whether our emotion-aware representation benefits them.
These tasks include phoneme recognition, which focuses pri-
marily on speech content, and intent classification, which em-
phasizes semantic content. The evaluation was conducted on
the LibriSpeech [25] train-clean-100/dev-clean/test-clean sub-
sets and the Fluent Speech Commands [26] dataset using the
Mockingjay model trained with our approach.

The results in Table 3 indicate that the extracted emotion-
aware representation can enhance the performance of down-
stream tasks beyond those explicitly considering emotion-
related objectives. In future work, we aim to explore the exten-
sion of our approach to a broader range of downstream tasks.

4. Conclusion
In this paper, we introduced an emotion-aware representation
learning method based on intensity knowledge, called EMS.
Extracting emotional intensity scores and designing a novel pre-
training task injecting emotional knowledge into high-level rep-
resentations, we enhanced the sentiment information in the rep-
resentations. Through this approach, our method achieved sig-
nificant performance improvements in SER tasks and demon-
strated notable enhancements in other downstream tasks as
well. In future work, we consider incorporating emotional
knowledge at other granularities into high-level representations.
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