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Abstract—Due to the utilization of large antenna arrays at base
stations (BSs) and the operations of wireless communications in
high frequency bands, mobile terminals often find themselves in the
near-field of the array aperture. In this work, we address the signal
processing challenges of integrated near-field localization and
communication in uplink transmission of an integrated sensing and
communication (ISAC) system, where the BS performs joint near-
field localization and signal detection (JNFLSD). We show that
JNFLSD can be formulated as a matrix factorization (MF) problem
with proper structures imposed on the factor matrices. Then,
leveraging the variational inference (VI) and unitary approximate
message passing (UAMP), we develop a low complexity Bayesian
approach to MF, called UAMP-MF, to handle a generic MF
problem. We then apply the UAMP-MF algorithm to solve the
JNFLSD problem, where the factor matrix structures are fully
exploited. Extensive simulation results are provided to demonstrate
the superior performance of the proposed method.

Index Terms—Integrated sensing and communications (ISAC),
near field, localization, variational inference (VI), approximate
message passing (AMP), matrix factorization (MF).

I. INTRODUCTION

Equipped with a large number of antennas at base sta-
tions (BSs), massive multiple-input-multiple-output (MIMO)
technology has the potential to significantly enhance spectral
efficiency by orders of magnitude, recognized as one of the key
technologies for future generation of wireless communications
[1], [2]. The availability of abundant spectrum resources in
the millimeterwave (mmWave) and Terahertz bands presents an
attractive proposition for high-frequency communications [3].
Moreover, the compact dimensions of high-frequency antennas
renders them highly suitable for deploying massive MIMO
systems with a large number of antennas. Consequently, high-
frequency massive MIMO is widely acclaimed as a key enabler
for the future of wireless communications [4].

Owing to the deployment of large antenna apertures at base
stations (BSs) and the utilization of high-frequency bands,
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mobile terminals frequently find themselves within the near-
field of the array aperture. This proximity to the array is due to
the fact that the Rayleigh distance, which serves as the boundary
between the near-field and far-field regions, is typically large [5],
[6]. For instance, consider a uniform linear antenna array com-
prising 128 elements with half-wavelength spacing, operating
at a carrier frequency of 30GHz. In this context, the Rayleigh
distance is approximately 82 meters, rendering the near-field
region a significant consideration in MIMO systems. When the
receiver is positioned within the near-field region, it becomes
imperative to accurately model the wavefront under the spherical
wavefront assumption, in contrast to the planar wavefront in the
far-field region [7]–[9].

Recently, there has been a significant upsurge of interest
in integrated sensing and communication (ISAC) in wireless
networks [8], [10]–[13]. Sensing has now emerged as an integral
element of wireless networks, e.g., localization will be a service
in wireless networks for many applications such as autonomous
driving. In the near-field scenario, the conventional localization
techniques developed based on the far-field assumption e.g.,
the on-grid the angle of arrival estimation method simulta-
neous weighted-orthogonal matching pursuit (SW-OMP) [38],
and the simultaneous iterative gridless weighted orthogonal
least square (SIGW-OLS) angle estimation method [15] suffer
from performance loss due to model mismatch. Recently, the
problem of target localization and channel estimation in near-
field environment has received tremendous attention, e.g., the
works in [5], [12], [16]–[18]. The Cramer-Rao bound of target
localization in near-field was studied [5], and the bound subject
to minimum communication rate requirement was investigated
in [12]. In large-scale massive MIMO systems, subarray-wise
and scatterer-wise channel estimation methods to estimate the
near-field nonstationary channel were studied in [16]. By using
high-order statistics and leveraging the structure of the signal
covariance matrix, subspace-based algorithms [17] and high-
order MUSIC algorithms [14] were proposed to estimate angles
of departure and distances between sources and receivers in the
near-field. Near-field channel estimation was studied in [18],
and further in [9], a near-field channel estimation algorithm
(NF-SOMP) was developed to handle the case that far-field
and near-field paths coexist. In this work, we focus on the
issue of integrated near-field sensing and communications in
the case of uplink transmission without pilot signals, where
the BS assumes the dual role of user localization and signal
detection, by performing blind joint near-field localization and
signal detection (JNFLSD).

In this paper, we show that blind JNFLSD can be formulated

ar
X

iv
:2

40
6.

07
27

2v
1 

 [
cs

.I
T

] 
 1

1 
Ju

n 
20

24



UAMP-MF-ISAC 2

as a matrix factorization (MF) problem with imposed structures
on two factor matrices, i.e., factorizing a received signal matrix
Y to the product of two factor matrices A and X with the
consideration of noise perturbation, where the factor matrix X is
sparse and the columns of matrix A are subject to the structure
specified by the distance-angle dependent steering vectors. To
solve a generic MF problem, leveraging varitional inference (VI)
[20] and unitary approximate message passing (UAMP) [21],
[22], we develop an efficient Bayesian approach. In choosing
the variational distribution, instead of using the mean field
approximation with full factorization, we only decouple A and
X and treat them as two latent matrices to avoid performance
loss, leading to the updates of two distributions on matrices A
and X , which are difficult and expensive. By exploiting the
structure of the variational messages on A and X and through
a covariance matrix whitening process, we incorporate UAMP
into VI to efficiently deal with the updates of the distributions
of A and X . The VI-based method is implemented using
message passing with UAMP as its key component, leading
to an algorithm called UAMP-MF. UAMP-MF inherits the low
complexity and robustness of UAMP. Enjoying the flexibility
of a Bayesian approach and low complexity and robustness of
UAMP, UAMP-MF can handle various MF problems in a unified
way while with high computational efficiency. We then apply the
developed UAMP-MF algorithm to solve the JNFLSD problem,
where the structures of the factor matrices are fully exploited.
Extensive simulation results are provided to demonstrate the
superior performance of the proposed method.

The remainder of this paper is organized as follows. In
Section II, we introduce the signal model for integrated near-
field localization and communications, and formulate JNFLSD
as a matrix factorization problem. In Section III, we develop the
matrix factorization algorithm UAMP-MF, leveraging VI and
UAMP. In Section IV, the UAMP-MF algorithm is applied to
tackle the JNFLSD problem. Simulation results are provided to
demonstrate the superiority of the UAMP-MF based algorithm
in Section V, and conclusions are drawn in Section VI.

Throughout the paper, we use the following notations. Bold-
face lower-case and upper-case letters denote vectors and ma-
trices, respectively. A Gaussian distribution of x with mean x̂
and variance νx is represented by N (x; x̂, νx). Notation Tr(·)
denotes the trace operation. The relation f(x) = cg(x) for some
positive constant c is written as f(x) ∝ g(x), and diag(a)
returns a diagonal matrix with a on its diagonal. We use A ·B
and A · /B to denote the element-wise product and division
between A and B, respectively. The notation |A|.2 denotes
element-wise magnitude squared operation for A, and ||A||
is the Frobenius norm of A. We use 1, 0 and I to denote
an all-one matrix, an all-zero matrix and an identity matrix
with a proper size, respectively. The above operations defined
for matrices are applied to vectors. We use Vec(·) to denote
the vectorization operation. We use MN

(
X; X̂,UX ,V X

)
to

denote the matrix Gaussian distribution, which is a generaliza-
tion of the multivariate Gaussian distribution to matrix-valued
random variables [23], where X is a random Gaussian matrix,
X̂ is the mean of X , UX and V X are the covariance among
rows and columns of X , respectively. The matrix Gaussian
distribution is related to the multivariate Gaussian distribution
in the way that x ∼ N

(
x; x̂,V X ⊗UX

)
, where x = Vec(X)

and x̂ = Vec(X̂).
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Fig. 1: Illustration of near-field angle-distance dependent
signal model (only a single user is shown).

II. SIGNAL MODEL AND PROBLEM FORMULATION FOR
INTEGRATED NEAR FIELD SENSING AND COMMUNICATIONS

We consider an uplink near-field ISAC system, where a
BS equipped with R antennas provides communications and
localization services to K single antenna users. In particular, we
focus on uplink transmission, where users transmit signals to the
BS, and the BS performs JNFLSD based on the received signals.
It is worth highlighting that the method developed in this paper
is automatically applicable to the far-field scenario because the
near-field signal model degenerates to the far-field one when
the distance from the BS to users is large. In addition, we
assume that differentiation modulation is employed by all users,
enabling that JNFLSD is realized without using pilot signals.
This is significant as the training period can be skipped and
considerable pilot overhead can be saved, thereby making the
system attractive for the scenario of moving mobile terminals.

As shown in Fig. 1, for simplicity, we assume that a uniform
linear array is used by the BS. However, we note that the method
proposed in this paper can be readily extended to other array
configurations. We assume that the antenna spacing is λ/2,
resulting in an aperture of D = (R − 1)λ/2, where λ is the
signal wavelength. The boundary between near-field and far-
field is determined by the Rayleigh distance 2D2/λ [6]. Because
of the use of antenna arrays with large aperture at the BS and
the short wavelength of mmWave/Terahertz band signals, there
is a high probability that the users locate in the near-field of
the BS. Due to the high attenuation of mmWave/Terahertz band
signals, we only consider the line of sight (LOS) path between a
user and the BS [24]. The distance between the kth user and the
first antenna (reference point) of the antenna array at the BS is
denoted by dk, and θk represents the angle between the antenna
array and the kth user, as shown in Fig. 1. The received signal
at the rth antenna element from the kth user at time instant l
can be expressed as

yr,l = exp

(
−j2π

λ
(dk,r − dk)

)
xk,l + wr,l (1)

where dk,r denotes the distance between the kth user to the rth
antenna at the BS, xk,l = gksk,l with gk being the channel gain
of user k (which is a constant over a short time period) and
sk,l being the transmitted signal of user k, and wr,l denotes the
noise. According to Fig. 1,

dk,r − dk =
√
d2k + b2r + 2dkbr cos θk − dk (2)

with br = (r − 1)λ/2, which is related to the angle θk. Hence
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we define

ar(dk, θk)=exp

(
−j2π

λ
(dk,r − dk)

)
=exp

(
−j2π

λ

[√
d2k +b2r +2dkbr cos θk − dk

])
.(3)

Then, for all the antenna elements, the angle-distance dependent
steering vector can be represented as

a(dk, θk) = [a1(dk, θk), ..., aR(dk, θk)]
T. (4)

Consider K users in the system, and the received signal by
the BS for all users in a time duration of L sampling time
instants can be expressed as

Y = AX +W , (5)

where X = [x1, ...,xK ]
T ∈ CK×L, W ∈ CR×L is the white

Gaussian noise matrix, and

A = [a(d1, θ1), ...,a(dK , θK)] ∈ CR×K . (6)

The aim of the BS is to locate the users by estimating the
parameters {dk, θk} and detect the transmitted symbols of all
users based on the estimates of {xk,l}. As no pilot signals are
used, only the received signal matrix Y is available at the BS.
We have the following remarks:

• We need to factorize the received signal matrix Y to the
product of matrices A and X , plus noise matrix W ,
thereby the estimates of the matrices Â and X̂ can be
obtained. This is an MF problem.

• It is noted that the columns of matrix A are parameterized
by parameters {dk, θk}, the estimation of matrix A pro-
duces the parameter estimates. As differential modulation
is employed, the transmitted symbols of the users can be
detected based on the estimate X̂ .

• A conventional way to solve the problem is transforming
the problem to a sparse signal recovery one by construct-
ing a dictionary matrix A′ with a two-dimensional grid
over {dk, θk}, leading to a sparse matrix X ′ with model
Y = A′X ′ +W . With the known dictionary matrix A′,
one only needs to recovery the sparse matrix X ′. However,
this way is normally impractical for the considered problem
because the size of the dictionary matrix is huge as the grid
is established over two parameters dk and θk, resulting in
prohibitively high complexity. In addition, the true {dk, θk}
may not land on the grids, rendering grid mismatch errors.
Off-grid methods may be used to deal with the grid-
mismatch problem, but they still require the assist of a
grid, which is huge for the considered problem. So the
complexity is a serious concern.

In this paper, we address the problem from the perspective of
MF, where the matrices A and X are estimated simultaneously.
We start from the development of a highly efficient algorithm
UAMP-MF to solve a generic MF problem, and then apply it
to tackle the blind JNFLSD problem.

III. MATRIX FACTORIZATION USING UNITARY
APPROXIMATE MESSAGE PASSING

We consider a generic MF problem with model (5), and
abuse the use of the notation A and X for more general
scenarios, i.e., depending on concrete application scenarios, the

matrices A and X are subject to some structures. For instance,
in dictionary learning (DL) [25], matrix X is sparse matrix
and A is a dictionary matrix to be learned. In compressive
sensing with matrix uncertainty (CSMU) [26], X is sparse
and the sensing matrix A can be modeled as A = Ā + δA,
where the matrix Ā is known, and δA denotes an unknown
perturbation matrix. The robust principal component analysis
(RPCA) problem [27] can also be formulated as (5), where
both A and X admit specific structures [28]. We may also
be interested in sparse MF, where both A and X are sparse.
In this section, we first give a brief introduction to the VI and
(U)AMP, then develop the UAMP-MF algorithm for a generic
MF problem by incorporating UAMP to VI. The use of the
UAMP-MF algorithm to solve the formulated JNFLSD problem
will be elaborated in Section IV.

A. Variational Inference

VI is a machine learning method widely used to approximate
posterior densities for Bayesian models [29], [20], [30]. Let V
and R be the set of hidden (latent) variables and visible (ob-
served) variables, respectively, with joint distribution p(V ,R).
The goal of VI is to find a tractable variational distribution
q(V ) that approximates the true posterior distribution p(V |R).
With the distribution q(V ), the log marginal distribution of the
observed variables admits the following decomposition

ln p(R) = L(q(V )) +KL(q(V )||p(V |R)), (7)

where the variational lower bound L(q(V )) is given as

L(q(V )) =

∫
V

q(V ) ln
p(V ,R)

q(V )
, (8)

and the Kullback-Leibler (KL) divergence between q(V ) and
p(V |R) is

KL(q(V )||p(V |R)) = −
∫
V

q(V ) log
p(V |R)

q(V )
. (9)

The distribution q(V ) that minimizes the KL divergence
KL(q(V )||p(V |R)) can be found by maximizing the varia-
tional lower bound L(q(V )).

VI can be implemented using message passing with the
assistance of graphical models [20], [30]. If the variational
distribution with some factorization is chosen, e.g.,

q(V ) =
∏
k

qk(V k), (10)

where V = {V k}, then the variational distribution can be found
through an iterative procedure [20] with the update rule

qk(V k) ∝ exp

(∫
Ṽ

q(Ṽ ) log f(V k, Ṽ )

)
. (11)

Here f(V k, Ṽ ) is a local factor associated with V k and Ṽ ∈
{V i, i ̸= k}, depending on the structure of the factor graph. The
updates of {qk(V k)} are carried out iteratively until it converges
or a pre-set number of iterations is reached.
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B. (U)AMP

AMP was derived based on loopy BP with Gaussian and
Taylor-series approximations [31], [32], which can be used to
recover x from the noisy measurement y = Ax + w with
w being a zero-mean white Gaussian noise vector. It works
well for an i.i.d. (sub)Gaussian A, but can easily diverge for
generic A [33]. It is shown in [21] that the robustness of AMP
can be significantly improved through simple pre-processing,
i.e., performing a unitary transformation to the original linear
model [22]. With an SVD A = UΛV , performing a unitary
transformation with UH leads to the following model

r = Φx+ ω, (12)

where r = UHy, Φ = UHA = ΛV , Λ is rectangular diagonal
matrix, and ω = UHw remains white and Gaussian.

Applying the vector step size AMP [32] with model (12)
leads to the first version of UAMP (called UAMPv1) shown
in Algorithm 1 1. An average operation can be applied to two
vectors: τx in Line 7 and |ΦH |.2τ s in Line 5 of UAMPv1
in Algorithm 1, leading to the second version of UAMP [21]
(called UAMPv2), where the operations in the brackets of Lines
1, 5 and 7 are executed (refer to [22] for details).

Algorithm 1 UAMP (UAMPv2 executes operations in [ ])

Initialize τ
(0)
x (or τ

(0)
x ) > 0 and x(0). Set s(−1) = 0 and t = 0.

Define vector λ = ΛΛH1.
Repeat

1: τ p = |Φ|.2τ t
x [or τ p = τ txλ]

2: p = Φxt − τ p · st−1

3: τ s = 1./(τ p + β−11)
4: st = τ s · (r − p)

5: 1./τ q = |ΦH |.2τ s

[
or 1./τ q = ( 1

NλHτ s)1
]

6: q = xt + τ q · (ΦHst)
7: τ t+1

x = τ q ·g′x(q, τ q)
[
or τ t+1

x = 1
N 1H (τ q · g′x(q, τq))

]
8: xt+1 = gx(q, τ q)
9: t = t+ 1

Until terminated

In the (U)AMP algorithm, gx(q, τ q) is related to the prior of
x, which is a column vector with the nth entry given by

[gx(q, τ q)]n =

∫
xnp(xn)N (xn; qn, τqn)dxn∫
p(xn)N (xn; qn, τqn)dxn

, (13)

where p(xn) represents a prior for xn, and qn and τqn are the
nth entry of q and τ q , respectively. The function g′x(q, τ q)
returns a column vector and the nth element is denoted by
[g′x(q, τ q)]n, where the derivative is taken with respect to qn.

C. Design of UAMP-MF

With the Bayesian treatment of MF by transforming the
constraints on matrices A and X to their priors p(A) and
p(X) properly, many MF problems can be handled in a unified
way. In this work, we assume that the priors are separable, i.e.,
p(A) =

∏
m,n p(hm,n) and p(X) =

∏
n,l p(xn,l), which can

be used for NMF, DL, CSMU, RPCA and sparse MF, as shown
in Section IV.

1Replacing r and Φ with y and A, the original AMP algorithm is recovered.
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f
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Fig. 2: Factor graph of (14), where fA ≜ p(A),
fY ≜ p(Y |X,A, λ), fX ≜ p(X), and fλ ≜ p(λ).

With model (5), we have the following joint conditional
distribution and its factorization

p(X,A, λ|Y )∝ p(Y |X,A, λ)p(X)p(A)p(λ), (14)

where we assume that the entries of W are i.i.d. Gaussian with
zero mean precision λ (this is applied to all the examples in
this paper), and

p
(
Y |X,A, λ

)
= MN

(
Y ;AX, IM , λ−1IL

)
. (15)

We assume a Jefferys prior p(λ) ∝ 1/λ [34] for the noise
precision.

If the a posteriori distributions p(A|Y ) and p(X|Y ) can
be found, then the estimates of A and X can be obtained,
e.g., using the a posteriori means of A and X to serve as
their estimates. However, it is intractable to find the exact a
posteriori distributions in general, so we resort to VI to find their
variational approximations. We define a variational distribution

q(X,A, λ) = q(X)q(A)q(λ), (16)

and expect that q(X) ≈ p(X|Y ), q(A) ≈ p(A|Y ) and
q(λ) ≈ p(λ|Y ). However, finding the varational distributions is
still challenging due to the high dimensions of A and X , and the
priors of A and X may also lead to intractable q(A) and q(X).
In this work, UAMP is employed to solve these challenges with
high efficiency. This also leads to Gaussian approximations to
q(A) and q(X), so that the estimates of A and X (i.e., the a
posteriori means of A and X) appear as the parameters of the
distributions. Leveraging UAMP, we carry out VI in a message
passing manner, with the aid of a factor graph representation
of the problem, depicted in Fig.2. This leads to the message
passing algorithm UAMP-MF.

Next, we derive the UAMP-MF algorithm and show how
to efficiently update q(X), q(A) and q(λ) iteratively. In the
derivation of UAMP-MF, we use the notation mna→nb

(X) to
denote a message passed from node na to node nb, which is a
function of X . The UAMP-MF algorithm is shown in Algorithm
2, which we will frequently refer to in this section.

1) Update of q(X): According to VI, with q(A) and q(λ)
(updated in the last iteration), we compute q(X). As shown by
the factor graph in Fig. 2, we need to compute the message
mfY →X(X) from the factor node fY to the variable node
X and then combine it with the prior p(X). Later we will
see that q(A) is a matrix Gaussian distribution, i.e., q(A) =
MN (A; Â,UA,V A) with a mean matrix Â (see Line 23
of Algorithm 2), a column covariance matrix V A and row
covariance matrix UA = IN , and q(λ) is a Gamma distribution.
It turns out that mfY →X(X) is matrix Gaussian, shown by
Proposition 1.
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Algorithm 2 UAMP-MF

Initialization: UA = I , V A = I , Â = 1, V X = I . ΞX = 1,
SX = 0, ΞA = 1, and SA = 0.
Repeat

1: WX = Â
H
Â+MV A

2: [CX ,DX ] = eig(WX)

3: RX = D
− 1

2

X CH
XÂ

H
Y , ΦX = D

− 1
2

X CH
X

4: V PX
= |ΦX |.2ΞX

5: PX = ΦXX̂ − V PX
· SX

6: V SX
= 1./(V PX

+ λ̂−11)
7: SX = V SX

· (RX − PX)
8: V QX

= 1./(|ΦH
X |.2V SX

)
9: QX = X̂ + V QX

· (ΦH
XSX)

10: ΞX = V QX
·G′

X(QX ,V QX
)

11: X̂ = GX(QX ,V QX
)

12: UX = diag(mean(ΞX , 2))

13: WA = X̂X̂
H
+ LUX

14: [CA,DA] = eig(WA)

15: RA = D
− 1

2

A CH
AX̂Y H, ΦA = D

− 1
2

A CH
A

16: V PA
= |ΦA|.2ΞH

A

17: PA = ΦAÂ
H
− V PA

· SA

18: V SA
= 1./(V PA

+ λ̂−11)
19: SA = V SA

· (RA − PA)
20: V QA

= 1./(|ΦH
A|.2V SA

)

21: QA = Â
H
+ V QA

· (ΦH
ASA)

22: ΞA = V QA
·G′

A(Q
H
A,V

T
QA

)

23: Â = GA(Q
H
A,V

T
QA

)
24: V A = diag(mean(ΞA, 1))
25: λ̂ = ML/C with C given in
Until terminated

Proposition 1: The message from fY to X can be expressed
as a matrix Gaussian distribution, i.e.,

mfY →X(X) ∝ MN (X;X, λ̂−1UX , IL), (17)

with
X = UXÂ

H
Y , (18)

UX =
(
Â

H
Â+ Tr(UA)V A

)−1
, (19)

and

λ̂ =

∫
λ

λq(λ). (20)

The computation of λ̂ is shown in (46).

Proof. See Appendix A.

Then the message mfY →X(X) needs to be combined with
the prior p(X) to obtain q(X). This can be challenging as X
is a random matrix with high dimension, and the prior p(X)
may lead to an intractable q(X) and high computational com-
plexity. Next, leveraging UAMP, we update q(X) efficiently. In
addition, we will also circumvent the matrix inversion involved
in (19).

Note that X = [x1, ...,xl] and X = [x1, ...,xl]. The result
in (17) indicates that xl ∼ N (xl;xl, λ̂

−1UX), and all vectors
in X have a common covariance matrix, which will greatly

simplify the computations later. With the result, for each xl,
we have the following pseudo observation model

xl = xl + el, (21)

where el ∼ N (el; 0, λ̂
−1UX), i.e., the model noise is not white.

We can whiten the noise by left-multiplying both sides of (21)
by U

− 1
2

X , leading to

U
− 1

2

X xl = U
− 1

2

X xl +wl, (22)

where wl = U
− 1

2

X el is white and Gaussian with covariance
λ̂−1I . Through the whitening operation, we get a standard linear
model with white additive Gaussian noise, which facilitates the
use of UAMP. Considering all the vectors in X which share the
same whitening matrix, we have

U
− 1

2

X X = U
− 1

2

X X +ΩX , (23)

where ΩX is white and Gaussian.
With model (23) and the prior p(X), we use UAMP to update

q(X). Following UAMP, a unitary transformation needs to be
performed with the unitary matrix CH

X obtained from the SVD
of U

− 1
2

X (or eigenvalue decomposition (EVD) as the matrix is
definite and symmetric), i.e.,

U
− 1

2

X = CXΛCH
X (24)

with Λ being a diagonal matrix. After performing the unitary
transformation, we have

RX = ΦXX +Ω′
X , (25)

where RX = CH
XU

− 1
2

X X , ΦX = CH
XU

− 1
2

X = ΛCH
X and

Ω′
X = CH

XΩX , which is still Gaussian and white.
From the above, the direct way to obtain RX and ΦX in

model (25) are costly. Specifically, a matrix inverse operation
needs to be performed according to (19) so that X in (18)
can be obtained; a matrix squared root operation is needed to
obtain U

− 1
2

X ; and an SVD operation is required to CH
X , which

lead to high complexity. Next, we show that these expensive
computations can be avoided with an EVD operation.

Instead of computing U
−1

X and U
− 1

2

X followed by SVD of
U

− 1
2

X , we perform EVD to U
−1

X = WX = Â
H
Â+Tr(UA)V A,

i.e.,

[CX ,DX ] = eig(WX), (26)

where the diagonal matrix

DX = Λ−2. (27)

Hence ΦX = ΛCH
X = D

−1/2
X CH

X , where the computation of
D

−1/2
X is trivial as DX is a diagonal matrix. Meanwhile, the

computation of the pseudo observation matrix RX can also be
simplified:

RX = CH
XU

− 1
2

X X

= CH
XU

− 1
2

X UXÂ
H
Y

= D
− 1

2

X CH
XÂ

H
Y . (28)

For convenience, we rewrite the unitary transformed pseudo
observation model as

D
− 1

2

X CH
XÂ

H
Y︸ ︷︷ ︸

RX

= D
− 1

2

X CH
X︸ ︷︷ ︸

ΦX

X +Ω′
X . (29)
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The above leads to Lines 1-3 of UAMP-MF in Algorithm 2.
Due to the prior p(X), the use of exact q(X) often makes

the message update intractable. Following (U)AMP, we per-
form the minimum mean squared error (MMSE) estimation
based on the pseudo observation model (29) with prior p(X),
i.e., project it to be Gaussian. These correspond to Lines 4-
11 of UAMP-MF. Noting that the prior p(X) is separable,
i.e., p(X) =

∏
n,l p(xnl), the operations in Lines 10 and

11 are element-wise, i.e., the function GX(QX , VQX
) is an

element-wise function with each entry same as (13) (similarly,
G′

X(QX , VQX
) denotes its derivative). This is explained as

follows. Due to the decoupling of (U)AMP, we assume the
following scalar pseudo models

qnl = xnl + wnl, n = 1, ..., N, l = 1, ..., L, (30)

where qnl is the (n, l)th element of QX in Line 9 of the UAMP-
MF algorithm, wnl represents a Gaussian noise with mean zero
and variance vnl, and vnlis the (n, l)th element of V Qx in Line
8 of the UAMP-MF algorithm. This is significant as the complex
estimation is reduced to much simpler MMSE estimation based
on a number of scalar models (30) with prior p(xnl). With the
notations in Lines 10 and 11, for each entry xnl in X , the
MMSE estimation leads to a Gaussian distribution

q̃(xnl) = N (xnl; x̂nl, vxnl
), (31)

where x̂nl and vxnl
is the (n, l)th element of X̂ in Line

11 and the (n, l)th element of ΞX in Line 10, respectively.
We can see that each element xnl has its own variance. To
facilitate subsequent processing, we make an approximation
by performing an average operation to each row of ΞX , i.e.,
replacing the entries of each row of ΞX by their average.
Then {q̃(xnl)} are collectively characterized by a matrix nor-
mal distribution, i.e., q(X) = MN (X; X̂,UX ,V X) with
UX = diag(mean(ΞX , 2)) and V X = IL, where mean(ΞX , 2)
represents the average operation on the rows of ΞX . This leads
to Line 12 of UAMP-MF in algorithm 2.

2) Update of q(A): With the updated q(X) =
MN (X; X̂,UX ,V X) and q(λ), we compute the message
from fY to A according to VI. Regarding the message, we
have the following result.

Proposition 2: The message from fY to A can be expressed
as a matrix Gaussian distribution, i.e.,

mfY →H(A) ∝ MN (A;A, IM , λ̂−1V A), (32)

with
A = Y X̂

H
V A. (33)

and
V A =

(
X̂X̂

H
+ Tr(V X)UX

)−1

, (34)

where λ̂ =
∫
λ
λq(λ).

Proof. See Appendix B.

Then we combine the message mfY →H(A) with the prior of
A to update q(A), which can also be realized with UAMP
through a whitening operation. The procedure is similar to
that for q(X), and the difference is that the pseudo model
is established row by row (rather than column by column) by
considering the form of message mfY →H(A).

With the message mfY →H(A) and noting that

A = [a1, ...,aM ]T (35)

where aH
m ∈ R1×N is the mth row vector of A, we have the

pseudo observation model

am = am + em, (36)

where em ∼ N (em; 0, λ̂−1V A). Performing whitening opera-
tion to (36) leads to

V
− 1

2

A am = V
− 1

2

A am +wm, (37)

where wm = V
− 1

2

A em, which is white and Gaussian with
covariance λ̂−1I . Collecting all rows and representing them in
matrix form, we have

V
− 1

2

A A
H
= V

− 1
2

A AH +ΩA. (38)

UAMP is then performed based on model (38). Using the idea
for updating q(X), we obtain the unitary transformed model
efficiently. We first perform an EVD to matrix V

−1

A = WA =

X̂X̂
H
+ Tr(V X)UX , i.e.,

[CA,DA] = eig(WA). (39)

Then the unitary transformed model is given as

RH
A = ΦH

AA
H +Ω′

A (40)

where

ΦA = D
− 1

2

A CH
A (41)

RA = D
− 1

2

A CH
AX̂Y H, (42)

and ΩA
′ is Gaussian and white. The above leads to Lines 13-15

of UAMP-MF in Algorithm 2.
Following UAMP in Algorithm 1, we obtain q(A) and

project it to be Gaussian, which correspond to Lines 16-23
of UAMP-MF Algorithm 2. The function GA(QA, VQA

) is
an element-wise function with each entry similar to (13). In
addition, similar to the case for updating q(X), to accommodate
{q(hmn)} with a matrix Gaussian distribution, we make an
approximation by performing an average operation to each
column of ΞA, replacing the entries of each column in ΞA

by their average. Then q(A) = MN (A; Â,UA,V A) with
V A = diag(mean(ΞA, 1)) and UA = IM (i.e., Line 24
of Algorithm 2), where mean(ΞA, 1) represents the average
operation on the columns of ΞA.

3) Update of q(λ): With q(A) = MN
(
A; Â,V A, IM

)
and q(X) = MN

(
X; X̂, IL,UX

)
, we compute the message

from fY to λ, as shown in Proposition 3.

Proposition 3: The message from fY to λ can be expressed
as

mfY →λ(λ) ∝ λML exp
(
− λC

)
, (43)

where

C = ∥Y − ÂX̂∥2 +MTr
(
X̂X̂

H
V A

)
+LTr(UXÂ

H
Â) +MLTr(UXV A). (44)

Proof. See Appendix C.
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We then combine the message mfY →λ(λ) and the prior
p(λ) ∝ 1/λ to update q(λ), i.e.,

q(λ) ∝ mfY →λ(λ)p(λ) = λML−1 exp
(
− λC

)
, (45)

which is a Gamma distribution. Then the mean of λ is obtained
as

λ̂ =

∫
λ

λq(λ) = ML/C, (46)

which is Line 25 of UAMP-MF.
4) Discussion and Computational Complexity: Regarding

UAMP-MF in Algorithm 2, we have the following remarks:
• We do not specify the priors of A and X in Algorithm

2. The detailed implementations of Lines 10, 11, 22 and
23 of the algorithm depends on the priors in a concrete
scenario.

• As the MF problem often has local minima, we can use
the strategy of restart to mitigate the issue of being stuck
at local minima. In addition, the iterative process can be
terminated based on some criterion, e.g., the normalized
difference between the estimates of two consecutive itera-
tions is smaller than a threshold.

• There are often hyper-parameters in the priors of A and X .
If we do not have knowledge on these hyper-parameters,
their values need to be leaned or tuned automatically.
Thanks to the factor graph and message passing framework,
these extra tasks can be implemented by extending the
factor graph in Fig. 1. Some details are provided in next
subsection.

• We see that UAMP-MF in Algorithm 1 involves matrix
multiplications and two EVDs per iteration, which dom-
inate its complexity. The complexity of the algorithm is
therefore in a cubic order, which is low in a MF problem
(the complexity of two matrices product is cubic)

• We can also see that the space cost of the algorithm is in
the same order of the size of the MF problem, which is
reasonable.

D. Hyper-Parameter Learning

We take MF with a sparse factor matrix as example to
show how to learn the hyper-parameters in the priors by taking
advantage of the factor graph and message passing techniques.
We assume that X is sparse and its sparsity rate is unknown.
In this case, we can employ the sparsity inducing hierarchical
Gaussian-Gamma prior, which is used in SBL [34] 2. Hence,
p(xnl|γnl) = N (xnl; 0, γ

−1
nl ) and p(γnl) = Ga(γnl; ϵ, η) with ϵ

and η being the shape parameter and scale parameter. While the
precision γnl is to be learned, the values for ϵ and η are often
set empirically, e.g., ϵ = η = 0 [34]. It is worth mentioning that
ϵ can also be tuned automatically to improve the performance
[37].

The factor graph representation for this part is shown in Fig.
2. Next, we show the message updates in this sub-graph. Due to
the decoupling of UAMP as shown by the pseudo model (30),
the incoming message to the factor graph in Fig. 2 is Gaussian,
i.e.,

mxnl→fxnl
(xnl) = N (xnl; qnl, vnl). (47)

2Other sparsity inducing priors may also be used, such as the spike and slab
prior [35] and horseshoe prior to achieve better robustness [36].

xnl fxnl γnl fγnl

N (xnl; qxnl
, vxnl

)

Fig. 3: Factor graph for hyper-parameters learning, where
fxnl

≜ p(xnl|γnl) and fγnl
≜ p(γnl) .

We perform inference on xnl and γnl, which can also
be achieved by using VI with a variational distribution
q(xnl, γnl) = q(xnl)q(γnl).

According to VI,

q(xnl) ∝ mxnl→fxnl
(xnl)mfxnl

→xnl
(xnl)

∝ N (xnl; x̂nl, vxnl
) (48)

with mfxnl
→xnl

(xnl) shown in (52), and

vxnl
=

vqnl

1 + γ̂nlvqnl

, x̂nl =
q̂nl

1 + γ̂nlvqnl

. (49)

The message mfxnl
→γnl

(γnl) can be expressed as

mfxnl
→γnl

(γnl) ∝ exp
( ∫

xnl

q(xnl) logN (xnl; 0, γ
−1
nl )

)
,

∝ γnl exp
(
− γnl(|x̂nl|2 + vxnl

)
)
. (50)

The message mfγnl
→γnl

(γnl) ∝ γϵ−1
nl exp(−ηγnl). According

to VI,

q(γnl) ∝ mfγnl
→γnl

(γnl)mfxnl
→γnl

(γnl)

∝ γϵ
nl exp

(
− γnl(|x̂nl|2 + vxnl

+ η)
)
. (51)

Thus

mfxnl
→xnl

(xnl) ∝ exp
( ∫

γnl

q(γnl) logN (xnl; 0, γ
−1
nl )

)
,

∝ N (xnl; 0, γ̂
−1
nl ), (52)

where

γ̂nl =
1 + ϵ

η + vxnl
+ |x̂nl|2

. (53)

The above computations for all the entries of X can be
collectively expressed as

ΞX = V QX
./
(
1+ Γ̂ · V QX

)
, (54)

X̂ = Q̂X ./
(
1+ Γ̂ · V QX

)
, (55)

Γ̂ = (1+ ϵ1)./
(
η1+ΞX + |X̂|.2

)
, (56)

where Γ̂ is a matrix with {γnl} as its entries.

IV. UAMP-MF FOR INTEGRATED NEAR FIELD
LOCALIZATION AND COMMUNICATIONS

In this section, we apply the developed UAMP-MF algorithm
to tackle the JNFLSD problem. It is noted that the application
is not straightforward as the matrix A has a structure with its
columns given as steering vectors parameterized by {dk, θk}.

An advantage of integrating UAMP with VI in developing
the UAMP-MF algorithm is that it facilitates the reinforcement
of the structure of A thanks to the decoupling of UAMP, i.e.,
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by executing Lines 20-21, which produce V QA
and QA, we

have the following pseudo model

qA,z = a(dz, θz) +wz, z = 1, ...Z, (57)

where qA,z is the zth column of QA, and wz is approximated to
a white noise with mean zero and variance σ2 = ⟨V QA

⟩. Next,
we estimate dz and θz based on the above model. To simplify
the notations, we drop the subscript z in this section.

The challenge lies in the non-linearity of a(d, θ) on the
parameters d and θ. To overcome the challenge, we adopt a
dynamic linearization method detailed in the following. As the
algorithm is an iterative one, where the estimates of d and θ in
the last round of iteration, denoted by d′ and θ′, are available.
Then the partial derivative vector eθ(d

′, θ′) and ed(d
′, θ′) can

be expressed as

eθ(d
′, θ′) =

∂a(d, θ)

∂θ
|d=d′,θ=θ′ = [eθ1 , ..., eθR ]

T
, (58)

ed(d
′, θ′) =

∂a(d, θ)

∂d
|d=d′,θ=θ′ = [ed1

, ..., edR
]
T
, (59)

where

eθr ≜
∂ar(d, θ)

∂θ
|d=d′,θ=θ′ = ar(d

′, θ′)

×
(
j2π

λ
dbr sin θ

′
√
d′2 + b2r + 2d′br cos θ′

)
(60)

edr
≜

∂ar(d, θ)

∂d
|d=d′,θ=θ′ = ar(d

′, θ′)

×−j2π

λ

(√
d′2 + b2r + 2d′br cos θ′(d

′ + br cos θ
′)− 1

)
.

(61)

Hence, with the first-order Taylor expansion, the vector α(d, θ)
can be approximately linearized at (d′, θ′) as

a(d, θ)≈a(d′, θ′) + eθ(d
′, θ′)(θ − θ′) + ed(d

′, θ′)(d− d′)

= a′ + e′θ(θ − θ′) + e′d(d− d′), (62)

where a′ ≜ a(d′, θ′), e′θ ≜ eθ(d
′, θ′) and e′d ≜ ed(d

′, θ′).
According to (57) and (62), we have

ξz = qA,z − a′ = Ezcz +wz, (63)

where
E = [ed, eθ] , (64)

c =

[
d− d′

θ − θ′

]
. (65)

Then, with model (63), we perform a LS estimation of c, which
is equivalent to the MMSE estimation with a priori mean ca = 0
and an inverse of covariance matrix V a

c = 0, i.e.,

V c = (
1

σ2
EHE)−1, (66)

ĉ = σ−2V cE
Hξ. (67)

Then we can get the updated estimates of d and θ as[
d̂

θ̂

]
= ĉ+

[
d′

θ′

]
. (68)

For the LS estimation, we have the following remarks:
• As the LS estimation is a special case of the MMSE estima-

tion, the matrix computed in (66) is actually the a posteriori

covariance matrix of A, which facilitates the incorporation
of the estimation to the UAMP-MF algorithm.

• The computational complexity involved in (66) and (67) is
low due to the small size of the matrices, i.e., EHE and
V c are 2× 2 matrices.

In the above, we only detail the computations for a single
column of QA. After applying it to all the columns, we can
get {d̂z, θ̂z}. Then according to the UAMP-MF algorithm, we
need to produce the estimate Â and the covariance matrix ΞA.
With the estimates {d̂z, θ̂z}, it is straightforward to obtain that

Â = [a(d1, θ1), ...,a(dZ , θZ)] . (69)

For the computation of the covariance matrix, we use the
linearized model (62) for each column of A and then average
them, leading to

ΞA =
1

Z

∑
z

EzV czE
H
z . (70)

Algorithm 3 UAMP-MF Based JNFLSD Algorithm

Initialization: K̃ = Umax, UA = IR, Â = A0, V X = IL.
Repeat

1: Execute Lines (1)-(10) of UAMP-MF in Algorithm 2 to
obtain QX and V QX

2: X̂ = QX ./ (1 + V QX
· Γ)

3: ΞX = V QX
./ (1 + V QX

· Γ)
4: γ = (ϵ+ 1)1./

(
L−1

(
|X̂|.2 +ΞX

)
1L

)
5: ϵ =

√
log (< γ >)− < log (γ) >

6: Γ = γ1T
L

7: Execute Lines (13)-(21) of UAMP-MF in Algorithm 2 to
obtain V QA

and QA

8: ∀z : Construct Ez and ξz according to (63).

9: ∀z : V cz = σ
(
EH

z Ez

)−1

10: ∀z : ĉz = σ−1V czE
H
k ξz

11: ∀z : [dt+1
z , θt+1

z ]T = ĉz + [dtz, θ
t
z]

T

12: ΞA = 1
Z

∑
z EzV czE

H
z

13: Â = [a(d1, θ1), ...,a(dZ , θZ)]
14: Execute Lines (24)-(25) of UAMP-MF in Algorithm 2
Until terminated
Output [dk, θk] and perform differential demodulation.

We note that the number of candidate columns in Â can be
often larger than K, i.e., its size is R×Z , and the corresponding
matrix X̂ has a size of Z × L. Regarding this, we note the
following.

• It is crucial to imposing a sparse prior on X , so that the
columns of Â with false distance-angle pairs correspond
to a (nearly) zero row of X̂ . In this paper, we adopt the
Gauss-Gamma prior.

• We further note that the rows of X̂ have common support,
which should be exploited to achieve better performance.
This can be achieved using the Gauss-Gamma priors, where
we impose that the elements of a row share a single
precision γz . Hence, we have

p(X) =
∏
l

p(xl|γ)p(γ) =
∏
l,z

p(xz,l|γz)p(γz)

=
∏
l,z

CN (xz,l; 0, γ
−1
z )Ga(γz; ϵ, η). (71)
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• It is shown in [37] that, the performance of sparse signal
recover can be significantly improved by automatically
tuning the hyper parameter ϵ. We adopt the update rule
in [37], i.e., ϵ is updated with the following equation in
each iteration

ϵ =
√
log (< γ >)− < log (γ) >, (72)

where

γ = (ϵ+ 1)1./
(
L−1

(
|X̂|.2 +ΞX

)
1L

)
. (73)

The UAMP-MF based JNFLSD algorithm is summarized
in Algorithm 3. The algorithm is an iterative one, and the
iteration can be terminated when the difference between the
estimates of A or X in two consecutive iterations is less
than a threshold. At the end of the iteration, the algorithm
outputs distance-angle pairs and the estimate X̂ , based on which
differential demodulation can be performed to make decision on
the transmitted symbols. Regarding the algorithm, we have the
following remarks.

• For the initialization of matrix A, we propose to use a
spatial power spectrum method, where the spatial power
spectrum is defined as

S(dz, θz) = a(dz, θz)
HY Y Ha(dz, θz). (74)

Through a coarse scan with the power spectrum, we can
determine the areas where users may be located. Then these
areas are divided uniformly with the distance-angle pairs
{dz, θz}, based on which matrix A can be initialized.

• The estimates of the matrices A and X are updated in
each iteration. The rows of X with small values and the
corresponding columns of A are killed, leading to low
complexity of the iterative process.

• Thanks to the simultaneous estimation of A and X , the
algorithm does not require the users to sent pilot signals,
which makes the transmission efficient and suitable to
dealing with dynamic scenarios. It is noted that, in the case
that few pilot symbols are available, differential modulation
is not needed.

V. SIMULATION RESULTS

Various simulation results are provided to verify the perfor-
mance of the proposed UAMP-MF based JNFLSD algorithm.
The system settings are as follows. A uniform linear antenna
array with R = 128 elements and half-wavelength spacing
is employed, and the center frequency fc = 30GHz, so the
Rayleigh distance is about 82 meters. We assume that K active
users are uniformly distributed in an area of interest with
distance range [5m, dmax] and angle range [30o, 150o]. In the
simulations, we vary the maximum distance dmax from 20m
to 70m to investigate the impact of maximum distance on the
performance of localization and communications. We compare
the proposed UAMP-MF based JNFLSD algorithm with existing
algorithms, including the on-grid SW-OMP algorithm [38],
where far-field is assumed, the off-grid SIGW-OLS algorithm
[15], where far-field is also assumed, and the on-grid algorithm
NF-SOMP [9], [39], where near-field is assumed. The signal to
noise power ratio (SNR) is defined as

SNR =
∥AX∥2/RKL

σ2
, (75)
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Fig. 4: Spatial power spectrum (normalized), the true locations
(denoted by “o”) and estimated locations (denoted by “×”) of

active users using the proposed algorithm.

where the numerator is the power of the received signal per
antenna per user, and σ2 is the power of noise. The localization
performance is evaluated using the normalized mean squared
errors (NMSE) of the distance estimation and the MSE of the
angle estimation. The communication performance is evaluated
using the bit error rate (BER) and frame error rate (FER).

We first examine the spatial power spectrum defined in
(74) in Fig. 4 for some typical scenarios, where the spectrum
is normalized and SNR = −4dB. The horizontal axis and
vertical axis represent the angle and distance, respectively. We
assume that there are 5 or 7 active users located within the
area of interest, which are indicated using “o” in the figure.
The estimated locations using the proposed UAMP-MF based
algorithm are also shown, which are denoted by “×” in the
figure. In Fig. 4(a), the users are well separated in both the angle
domain and distance domain, which can be distinguished based
on the spatial power spectrum. As expected, the UAMP-MF
based algorithm can accurately localize all users. In Fig. 4(b),
three users out of five uses locate closely in the distance domain
and angle domain, which can be hardly distinguished based on
the spatial power spectrum. We can see that the UAMP-MF
based algorithm can still estimate their locations accurately. In
Fig. 4(c), there are 7 active users, where two groups of 3 users
have the same distances with BS, and locate closely in the angle
domain. Again the UAMP-MF based algorithm works well. Fig.
4(d) shows a challenging case, where all users locate closely in
both angle and distance, where we can see that the proposed
algorithm still delivers promising performance.

Next we compare the UAMP-MF based JNFLSD algorithm
with SW-OMP, SIGW-OLS and NF-SOMF. It is noted that SW-
OMP, SIGW-OLS and NF-SOMF all use a grid, and the grid size
impacts their performance. In contrast, the proposed UAMP-MF
based algorithm does not rely on the use of a grid. In addition,
SW-OMP and SIGW-OLS assume far-field signal models and do
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Fig. 5: (a) NMSE of distance estimation and (b) MSE of angle
estimation versus grid size with dmax= 20m and SNR=-4dB

and -6dB.
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Fig. 6: (a) NMSE of distance estimation and (b) MSE of angle
estimation versus dmax with SNR=-4 and -6dB.

not have the capability of distance estimation. So in evaluating
the NMSE performance of distance estimation, SW-OMP and
SIGW-OLS are absent. We first investigate the impact of grid
size on the performance of the algorithms, and the NMSE of
distance estimation and MSE of angle estimation are shown in
Figs. 5 (a) and 5 (b), respectively. In the figures, the horizontal
axis represents the number of grid points in angle (for SW-OMP,
SIGW-OLS and NF-SOMF) and distance (for NF-SOMF). It can
be seen that with the increase of grid points, the performance of
SW-OMP, SIGW-OLS and NF-SOMF is improved but with the
cost of increased complexity. When the number of grid points is
larger than 240, the performance has no significant change. So,
in subsequent simulations, for SW-OMP, SIGW-OLS and NF-
SOMF, the number of grid points in angle and distance is set
to 240, i.e., the grid size is 240×240. From the results, we can
see that the proposed algorithm significantly outperforms other
algorithms in both distance estimation and angle estimation. In
angle estimation, the performance of SW-OMP and SIGW-OLS
is not good due to the model mismatch problem as they use the
far-field assumption.

Then, we investigate the performance of localization versus
the maximum distance dmax and the results are shown in Fig.
6. We can see that, the proposed algorithm achieves the best
performance in all cases. With the increase of the maximum
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Fig. 7: (a) NMSE of distance estimation and (b) MSE of angle
estimation versus SNR with dmax = 20m and 30m.
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Fig. 8: Comparison with CRLB (a) distance estimation and (b)
angle estimation.

distance dmax, the performance of distance estimation degrades,
which is expected as the signal model tends to be a far-field
one, where the contribution of the distance to the distance-
angle steering vector diminishes. In contrast, the performance
of the angle estimation does not change much with dmax, which
is because in both near-field and far-field, the parameter of
angle always plays an important role in the steering vector.
It can also be observed from the figure that the performance
of angle estimation of SW-OMP and SIG-OLS is improved
considerably with the increase of distance. This is because, with
the increase of the distance, the mode mismatch due to the
far-field assumption is alleviated. When the distance is small,
the SW-OMP and SIG-OLS suffer from significant performance
loss due to the severe model mismatch.

In Fig. 7, we show the NMSE of the distance estimation
and MSE of angle estimation versus SNR, where the maximum
distance dmax =20 and 30 meters. As expected, with the
increase of the SNR, the performance of distance estimation
becomes better, and the proposed algorithm outperforms NF-
SOMP consistently. We can see from 7 (b) that the MSE of angle
estimation of the proposed algorithm is significantly better than
that of other algorithms. In addition, the NMSE performance of
angle estimation does not depend too much on the maximum
distance dmax, which is consistent with the results in Fig. 6. In
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Fig. 9: BER versus SNR with K = 1, 3, 5, 7 and dmax=30m.

addition, the MSE of angle estimation of other algorithms does
not improve too much with the SNR, which is because the grid
mismatch or model mismatch dominate the errors.

We compare the performance of the algorithms with the
CRLB, which is given in [5], and the results are shown in
Fig. 8. In the simulations, we assume three users located
at (5.3m, 60.3o), (10.3m, 90.3o) and (15.3m, 120.3o), respec-
tively. We can see that, compared to other algorithms NF-SOMP,
SW-OMP and SIGW-OLS, the proposed algorithm delivers
performance much closer to the CRLB.

We compare the BER performance of the proposed algorithm
with SW-OMP, SIGW-OLS and NF-SOMP. The results are
shown in Fig. 9, where the number of users K = 1, 3, 5, 7 in (a),
(b), (c) and (d), respectively. The FER performance is shown in
Figs. 10 (a) and 10(b), where the number of users K = 1 and 3,
respectively. In all cases, the maximum distance dmax=30m. In
addition, we also show the BER and FER performance bounds,
which are obtained by assuming the locations of all users are
exactly known, i.e., the matrix A is known. From the results
we can see that, in all cases, SW-OMP and SIGW-OLS delivers
poor BER performance. This is because they make far-field
assumption, leading to significant model mismatch. We can also
see that NF-SOMP only delivers good performance in the case
of K = 1, and its performance deteriorates with the increase
of K. This is because NF-SOMP adopts grid-based near-field
model, and it works well in the case K = 1, where there is no
inter-user interference. However, in the case of multiple users,
NF-SOMP has limited capability to deal with the inter-user
interference due to the energy leakage in determine the locations
of the users, which results in a worse estimate of A, thereby
a worse estimate of X . In all cases, the proposed algorithm
delivers significantly better BER and FER performance, which
is very close to the bounds.
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Fig. 10: FER versus SNR with K = 1 and 3 and dmax=30m.

VI. CONCLUSIONS

In this paper, we tackled the blind joint near-field localization
and signal detection problem in an ISAC system, which is
formulated as a MF problem with proper structures imposed
on the factor matrices. By incorporating UAMP into varia-
tional inference through a whitening process, we designed the
message passing algorithm UAMP-MF to solve a generic MF
problem. Then, we apply the UAMP-MF algorithm to solve
the joint localization and signal detection problem, where the
factor matrix structures are fully exploited. Extensive simulation
results demonstrate that the proposed algorithm significantly
outperforms existing algorithms.

APPENDIX A
PROOF OF PROPOSITION 1

According to VI, the message from fY to X can be expressed
as

mfY →X(X)

∝ exp

(∫
A,λ

q(A)q(λ) log fY

)
∝ exp

(
− λ̂

∫
A

Tr
(
(Y −AX)H(Y −AX)

)
q(A)

)
∝ exp

(
−λ̂

∫
A

(y − Vec(AX))H(y − Vec(AX))q(A)

)
= exp

(
−λ̂

∫
a

(y − X̃a))H(y − X̃a))q(a)

)
(76)

= exp
(
− λ̂

∫
a

(
yHy + aHX̃

H
X̃a︸ ︷︷ ︸

(i)

−aHX̃
H
y︸ ︷︷ ︸

(ii)

−yHX̃a︸ ︷︷ ︸
(iii)

)
q(a)

)
,

(77)

where a = Vec(A), y = Vec(Y ) and X̃ = XH ⊗ IM . In
the derivation of (76), we use the matrix identity Vec(AX) =
Vec(IMAX) =

(
XH ⊗ IM

)
a [40]. Next, we work out the

integration of the three terms (i), (ii) and (iii) in (77). For
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term (i), we have∫
a

aHX̃
H
X̃aq(a)

=

∫
a

Tr
(
X̃

H
X̃aaH

)
q(a)

= Tr
(
X̃

H
X̃(ââH + V A ⊗UA)

)
= Tr(âHX̃

H
X̃â) + Tr(X̃(V A ⊗UA)X̃

H
)

= Tr(Vec(Â)H(XH ⊗ IM )H(XH ⊗ IM )Vec(Â))

+Tr((XH ⊗ IM )(V A ⊗UA)(X
H ⊗ IM )) (78)

= Tr
(
Vec(ÂX)HVec(ÂX)

)
(79)

+Tr
(
(X ⊗ IM )(XH ⊗ IM )(V A ⊗UA)

)
(80)

= Tr(XHÂ
H
ÂX)

+Tr(((XXH)⊗ IM )(V A ⊗UA)) (81)

= Tr(XHÂ
H
ÂX) + Tr(UA)Tr(XXHV A) (82)

= Tr(XH(Â
H
Â+ Tr(UA)V A)X), (83)

where we use the matrix identity Tr (ABC) = Tr (CAB)
in deriving (80), (A⊗B) (C ⊗D) = (AB) ⊗ (CD) and
(A⊗B)

H
= AH ⊗ BH in deriving (81), and Tr(A ⊗ B) =

Tr(A)Tr(B) in deriving (82).
Regarding term (ii), we have∫

a

aHX̃
H
yq(a)

=

∫
A

Vec(A)H(XH ⊗ IM )HVec(Y )q(A)

=

∫
A

Tr(XHAHY )q(A)

= Tr
(
XHÂ

H
Y
)
. (84)

Similarly, term (iii) can be expressed as∫
a

yHX̃aq(a) = Tr(Y HÂX). (85)

Based on the above results, the message

mfY →X(X) ∝ exp
(
− λ̂Tr

(
XH(Â

H
Â+ Tr(UA)V A)X

−XHÂ
H
Y − Y HÂX + Y HY

))
. (86)

Comparing the result against the matrix Gaussian distribution,
we have the result shown in (17).

APPENDIX B
PROOF OF PROPOSITION 2

According to VI, the message mfY →H(A) is computed as

mfY →H(A)

∝ exp

(∫
X,λ

q(X)q(λ) log fY

)
∝ exp

(
−λ̂

∫
X

Tr((Y −AX)H(Y −AX))b(X)

)
= exp

(
−λ̂

∫
x

(y − Ãx)H(y − Ãx)b(x)

)
= exp

(
− λ̂

∫
x

(
yHy + xHÃ

H
Ãx

−xHÃ
H
y − yHÃx

)
b(x)

)
, (87)

where Ã ≜ IL ⊗ A. Similar to the derivation of (83), the
integration of the terms in (87) can be expressed as∫

x

xHÃ
H
yb(x) = Tr

(
X̂

H
AHY

)
(88)

and ∫
x

xHÃ
H
Ãxb(x)

=

∫
x

Tr
(
Ã

H
ÃxxH

)
b(x)

= Tr
(
Ã

H
Ã(x̂x̂H + V X ⊗UX)

)
= Tr

(
X̂

H
AHAX̂

)
+ Tr

(
V X ⊗ (AHAUX)

)
= Tr

(
X̂

H
AHAX̂

)
+ Tr(V X)Tr

(
AUXAH)

= Tr
(
A(X̂X̂

H
+ Tr(V X)UX)AH). (89)

The message from fY to A can be represented as

mfY →H(A)

∝ exp
(
− λ̂Tr(Y Y H +A(X̂X̂

H
+ Tr(V X)UX)AH

−AX̂Y H − Y X̂
H
AH)

)
. (90)

Comparing the above against the matrix Gaussian distribution,
we obtain the result shown by (32) - (34).

APPENDIX C
PROOF OF PROPOSITION 3

According to VI, the message

mfY →λ(λ)

= det(λ−1IM ⊗ IL) exp
(
− λ

(
Vec(Y )− Vec(AX)

)H

(
Vec(Y )− Vec(AX)

))
= λML exp

(
− λ

∫
A,X

Tr((Y −AX)H

(Y −AX))b(A)b(X)
)

= λML exp
(
− λC

)
, (91)

where

C =

∫
A,X

Tr((Y −AX)H(Y −AX))q(A)q(X)

=

∫
x,A

(yHy + xHÃ
H
Ãx− xHÃ

H
y − yHÃx)q(x)q(A)

=

∫
A

Tr(Y Y H +A(X̂X̂
H
+ Tr(V X)UX)AH

−AX̂Y H − Y X̂
H
AH)q(A)

= Tr(Y Y H − ÂX̂Y H − Y X̂
H
Â

H
)

+Tr((X̂X̂
H
+ Tr(V X)UX)(Â

H
Â+ Tr(UA)V A)

H)

= Tr
((

Y − ÂX̂
)H(

Y − ÂX̂
))

+ Tr
(
X̂X̂

H
Tr(UA)V A

+Tr(V X)UXÂ
H
Â+ Tr(V X)UXTr(UA)V A

)
. (92)

By simplifying the above result, we obtain (44).
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