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Graph Linear Canonical Transform: Definition,
Vertex-Frequency Analysis and Filter Design

Jian Yi Chen and Bing Zhao Li

Abstract—This paper proposes a graph linear canonical trans-
form (GLCT) by decomposing the linear canonical parameter
matrix into fractional Fourier transform, scale transform, and
chirp modulation for graph signal processing. The GLCT enables
adjustable smoothing modes, enhancing alignment with graph
signals. Leveraging traditional fractional domain time-frequency
analysis, we investigate vertex-frequency analysis in the graph
linear canonical domain, aiming to overcome limitations in cap-
turing local information. Filter design methods, including optimal
design and learning with stochastic gradient descent, are analyzed
and applied to image classification tasks. The proposed GLCT
and vertex-frequency analysis present innovative approaches
to signal processing challenges, with potential applications in
various fields.

Index Terms—Graph signal processing, graph linear canonical
transform, vertex-frequency analysis, filter design.

I. INTRODUCTION

Graph signal processing has a broad spectrum of applica-
tions in computer vision, image processing, and social network
analysis. Advancements in these technologies will catalyze
technological innovation and societal progress, offering abun-
dant developmental opportunities and benefits for humanity
[I]-[3]]. The essence of graph signal processing lies in the con-
struction of dictionary atoms, followed by the representation of
graph signals as linear combinations of these atoms [4]. This
representation technique finds diverse applications, including
data visualization analysis, statistical analysis, compression,
and regularization in machine learning, and ill-posed inverse
problems such as repair, denoising, and classification tasks.

When the atom is the eigenvector (Fourier basis) obtained
from the Laplacian matrix decomposition of the graph, differ-
ent Fourier bases correspond to distinct levels of smoothness.
Their associated eigenvalues provide a gradient character-
ization of the smoothness of the graph signal, effectively
functioning as frequencies [5]], [6]. Lower eigenvalues indicate
slower changes in the corresponding Fourier basis, resulting
in consistent signal values across similar nodes. Conversely,
higher eigenvalues signify more rapid changes in the Fourier
basis, leading to inconsistent signal values across similar
nodes. Thus, the coefficients of the graph Fourier transform
(GFT) represent the amplitude of the graph signal on the
corresponding frequency component, reflecting the strength of
the signal on that frequency component.
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Based on the GFT, various graph analysis methods have
emerged, with the core focus being on designing different
dictionary atoms to represent graph signals. The effectiveness
of signal analysis refers to the ability to capture important
information in a signal with fewer mathematical descriptions
[7]l, which essentially requires atoms to be able to sparsely
represent the signal. Therefore, the effectiveness of vertex-
frequency analysis of graph signals requires atoms to have the
following characteristics in the spatial domain:

« Interpretability: The methods should enable the explana-
tion of the underlying graph structure.

o Multiresolution: They should be able to continuously
approximate signals from low-frequency resolution to
high-frequency resolution.

o Locality: Emphasis should be placed on the local struc-
ture of the graph.

o Multiscale: They should encompass vertex-frequency dis-
tributions of various scales.

o Smooth diversity: The ability to select different smooth-
ing modes should be included.

Traditional vertex-frequency analysis methods can effectively
fulfill the first four characteristics but are inadequate in ad-
dressing the last one [8[|-[[10]. The fixed smoothing mode,
based on GFT, solely relies on its Laplacian matrix. Con-
sequently, traditional vertex-frequency analysis methods are
confined to characterizing signals from the horizontal and ver-
tical directions of the vertex-frequency plane. This limitation
stems from the mathematical structure of their atoms, typically
comprising time shift, frequency shift, or scaling operations.
As a result, these methods can only impart changes to atoms in
the horizontal and vertical directions of the vertex-frequency
plane [11], [12]. Consequently, traditional vertex-frequency
analysis methods fail to fully exploit the inherent geometric
characteristics of the signal itself and encounter bottlenecks in
enhancing signal processing performance further. An effective
solution entails the introduction of a new vertex-frequency
analysis method.

The Linear canonical transform (LCT) is a more general-
ized integral transform, with the Fourier transform, fractional
Fourier transform (FrFT), and Fresnel transform all being
regarded as special forms of LCT [[13|-[15]. It demonstrates
strong flexibility due to its additional parameters. Building
upon the advantages of this transform method, it has been
further integrated into graph signal processing technology,
leading to significant research achievements. These include the
development of graph fractional Fourier transform [16], graph

0000-0000/00$00.0ligzan2¢aimmrical transform (GLCT) [[17] based on adjacency



JOURNAL OF KX CLASS FILES, VOL. 14, NO. 8, AUGUST 2021

matrix , and related vertex-frequency analysis methods [18],
[19]. The linear canonical parameter matrix can be decom-
posed into a linear combination of FrFT, scale transform,
and chirp modulation (CM). Leveraging this pivotal property,
this paper proposes a GLCT based on the graph Laplacian
matrix, which significantly diverges from previous work [17].
The GLCT facilitates the adjustment of the smoothing mode
to better align with the graph signal. Additionally, building
upon the research foundation of traditional fractional domain
time-frequency analysis methods [20]—[23], this paper ex-
plores vertex-frequency analysis methods in the graph linear
canonical domain. This research endeavors to address the
inherent limitations of graph signal processing techniques in
characterizing local information.

The vertex-frequency analysis method based on GLCT
enables atoms to select different smoothing modes, facilitating
optimal matching of intrinsic local features of the signal. This
approach offers new ideas and methods for addressing prob-
lems in signal processing. This paper first presents a systematic
framework for vertex-frequency analysis based on GLCT. It
then discusses three definitions of filters: (1) The filter is
constructed based on the convolution and translation operators
of GLCT, leading to the definition of windowed GLCT. (2) By
utilizing the spectral shift form of the kernel of the bandpass
function in the linear canonical domain of the graph, we can
define GLCT-based wavelet transform and S-transform. (3) A
filter constructed based on the vertex neighborhood can define
local GLCT. In practical applications, selecting the appropriate
filter is crucial. For instance, various spectral neural networks
primarily rely on different filter learning methods [24[—[27].
Therefore, we analyze methods for filter design, discussing
optimal filter design as well as filter learning based on
stochastic gradient descent methods. Subsequently, we apply
the designed filters to image classification tasks. The filter
design proposed in this paper can be utilized as convolutional
layers in spectral graph neural networks [28]]—-[31], showcasing
significant potential for various applications.

This paper is structured through the following steps. Section
presents the basic theory of graph signal processing and
defines time-frequency analysis methods based on LCT. In
Section the GLCT is proposed through FrFT, scaling, and
CM. In Section[[V] the definition of the vertex-frequency anal-
ysis method based on GLCT is discussed and summarized. In
Section |V} we discuss optimal filter design and filter learning,
and we apply the designed filters to image classification tasks.
Finally, Section |VI| concludes this paper.

II. PRELIMINARIES
A. The graph signal

Consider a weighted, undirected, and connected graph G =
{V,E,W}, where V = {vg,v1, -+ ,ony_1} with |[V] = N
represents a finite set of vertices, £ denotes the set of edges,
and W represents the weighted adjacency matrix. In this graph,
if there exists an edge e = (4,j) connecting vertices 7 and 7,
the weight of the edge is denoted by w; ;; otherwise, w; ; = 0
(5]

The non-normalized graph Laplacian is a symmetric differ-
ence operator L = D — W, where D represents a diagonal

degree matrix of the graph G. The i-th diagonal element d;
of D is equal to the sum of the weights of all the edges
incident to vertex . Since the matrix £ is real and symmetric,
it possesses a complete set of orthonormal eigenvectors de-
noted as {uy}r=01,.. n—1. These eigenvectors are sorted in
ascending order according to their corresponding eigenvalues
0=MX <A1 £ X2 <--- < Ay_1. Thus, using the unitary
column matrix U = [ug,uy, - ,uy_1] and the diagonal
matrix A = diag ([XO, Xl, e

,AN—1]| |, we can express

L =UAUH (1)

where the superscript H represents the Hermitian transpose
operation. While we use the non-normalized graph Laplacian
L for explanation in this article, we can still use the normalized
graph Laplacian Ly, = Exy — D Y/2WD~1/2, where Ey
represents an N-dimensional identity matrix [4].
A signal defined on the graph G can be represented as a
mapping [19]]
f: V=R
v; = f(i). 2
Alternatively, we can express f as a real-valued vector f =
[£(0), f(1),---, f(N —1)]" € RN, where f(i) represents the
value associated with the i-th vertex. The Laplacian matrix

is an operator that captures the local smoothness of a graph
signal. When it acts on the graph signal f, it is defined as

(LE)(i) = > wi [f(i) = ()] 3)
JEN
where the neighborhood N; represents the set of vertices
connected to vertex ¢ by an edge. This operator quantifies
the difference in signal between the central node and its
neighboring nodes.

Example 1. We simulate two distinct graphs: a 128-node
sensor network graph (Fig.[l} (a)) and a 256-node Swiss roll
graph (Fig. |l} (b)). We consider the random signal for both
cases, as shown in Fig. |l| (c) and (d), respectively.

B. The graph fractional Fourier transform

1) Graph Fourier transform: For any function f € RY
defined on the vertices of G, its Graph Fourier Transform
(GFT) is defined as [5]]

N-1
f(k):<f7uk>:Zf(n)uZ(n)v k:071>"'ﬂN_1'
n=0

“)
The inverse GFT is given by

N-1
fn) =" fk)ug(n), n=0,1,--- ,N=1. (5
k=0

Therefore, we can observe that the GFT can be represented
using the matrix U, such that f = Ff = UHf [3]. In the
case where the GFT matrix F is ortho-diagonalized, it can
be expressed as F = U7 = QRQY, where the matrices
Q = [qo,q1, -+ ,an-1] and R = diag ([ro, 71, ,7N-1])
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are obtained through the spectral decomposition of the GFT
matrix.

2) Graph fractional Fourier transform: By denoting J =
diag ([Co, C1, - s (n—1]) = R%, where (; = rf*, the graph
fractional Fourier transform (GFrFT) is defined as f, =
Fof = QIQHF [16]. There is [19]

—1N-1

-3 s

n=0 [=0

k)Gai (n) (6)

where the papameter « is the order of the fractional Fourier
transform, and k = 0,1,--- , N — 1. Similar to (4], we define
the graph fractional Laplacian operator £, as follows

Lo=TFIAF,. ©)
The inverse GFrFT is given by

N-1

f(n) = f( kg (k)Gaq(n), n=0,1,--- N -1 (8

A“

C. Linear canonical transform

The linear canonical transform (LCT) of the signal f(t) €
L?(R) with the parameters A = (a, b, ¢, d), where ad—bc = 1,
is defined as follows [[13]—[15]]

f DEA(tu)de b0
Rt = \/;ei(w?“”m (10)

where i reprents an imaginary unit. When the parameter A =
(cosa, sine, —sina, cosa) is used, the LCT becomes the a-th
order fractional Fourier transform (FrFT)

/Ktu (t)dt

A, eXp{ w 1tucsca+1%}

L(cosa sina, —sina, COSa){f}

Ko (tiu) =4 a#Fnm
S(u—t),a=2nmw
S(u+t),a=2nmT—=
A, = M,O<|a|<ﬂ'. (11)

2

The LCT with parameter A = (a,b,c,d) can be decom-
posed into a combination of various specialized transforms,
achieved through the decomposition of the parameter matrix.
This article will utilize the following decomposition

a b| |10 o 0 cosf3  singf
c d| | €1 0 ot —sin g3

cos 3
where A is decomposed into FrFT, scaling, and chirp mod-
ulation (CM), and ¢ is the CM parameter, o denotes the
scaling parameter, 3 is the FrFT parameter. The parameter
relations between (a, b, ¢, d) and (§,0, ) are { = ggigl, o=
Va2 + 52,8 = cos™! (2) = sin™"' (£). In Section [III| we
will present the definition of graph linear canonical transform
(GLCT) based on this parameter matrix factorization.

ITI. GRAPH LINEAR CANONICAL TRANSFORM

Building upon the centrality and scalability of the LCT
eigendecomposition approach, Zhang proposes the definition
of the GLCT based on the adjacency matrix by integrating
the graph chirp-Fourier transform, graph scale transform, and
graph fractional Fourier transform [17]]. Similarly, this article
proposes a GLCT based on the Laplacian matrix through
decomposition of the LCT parameter matrix in (T2). However,
there is a significant difference between the definition in this
article and the definition in [17].

Since any LCT matrix is non-commutative, it should be
implemented in the order of FrFT, scaling, CM. To derive
the definition of GLCT based on the Laplacian matrix, we
accomplish it through the following three stages.

Stepl GFrFT stage

For a graph signal, initiate the GFrFT as delineated

in Section expressed as
fs = Fsf = QLQIf (13)

JEn—1]) = RP, Kk =
— 1, and 3 = cos™! (%)

where K = diag ([xo, 51, -
Pl =0, ,N
sin ™1 (3)

Step2 Graph scaling stage
In graph signal processing, defining scale transform
differs from traditional signal processing methods.
Hammond introduced the concept of scale on the
graph by utilizing the scale property of the Fourier
transform [33]], defining the scale operators at scale
s as S} = f(sL). Therefore, this article considers
the scale Laplacian matrix S = o L.
Pei noted that the scaled signal can be derived
by decomposing the signal into orthogonal Hermite
eigenspaces and subsequently reconstructing the sig-
nal using scale Hermite eigenvectors with identical
inner product coefficients [34]. We employ this con-
cept to define the graph scale transform.
The graph spectrum decomposition of S is rep-
resented as S = YXY¥H, and YH = PEPH,
where P = [po,p1, - ,pn-1] and E =
diag ([to,t1,- -+ ,tn—1]). The graph scale transform
is defined as

ST, f =PQIf

where o = va? + b2

Step3 Graph CM stage
In classical signal processing, the modulation opera-
tor is defined by M¢f = €™t f(¢). Shuman defined
the modulation operator on the graph as M f =
f(n)ui(n), where k € {0,---, N — 1}, recognizing
that the essence of the modulation operator lies in
multiplying by the Laplacian eigenvectors.
However, the scenario addressed in this article per-
tains to CM, where CMf = €™t f(t). The con-
cept of CM on the graph has not yet been clearly
defined, and defining it from a practical perspective
is quite challenging. Hence, we define it based on
the chirp signal spectrum perspective.

(14)
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In traditional signal processing, the Fourier _spectrum
of a chirp signal s(t) = rect (%) e/ can be

approximated as F{s}(u) =~ rect

]Tr E
5T2 ¢
[35]. Similarly, we define a signal in a graph spectral
domain as

Py

Ge (k) :{ I, E40

1y, &=0

where 1y represents an N-dimensional column vec-

tor with all elements being 1. Next, the inverse GFT

is performed to obtain its vertex domain form as

s(n) = Us¢(k). We utilize this signal as the CM
term for the graph signal. Let

T = diag (Us¢(k))

(15)

(16)
thus, defining the CM operator on the graph as

CMcf = Tf (17)

ac+bd
a2+b2°

Based on the aforementioned three stages, we define the
GLCT by performing FrFT in (T3), scaling in (T4), and CM
in (T7) on a graph signal f.

Definition 1. For the parameter A = (a,b,c,d) of LCT, de-
note o = Va2 + 02, &= “Cg—tbd, B = cos™* (%) =sin~! (g)
The graph linear canonical transform (GLCT) is defined by

where £ =

1= Faf =T (PQT)(QKQ™)f = TPLQHE.  (18)
Its algebraic form is
N—-1N-1
f(n)expi(k)rig (n). 19)
n=0 1=0
The  corresponding  eigenvalues  are  An =
diag (Mo, Aty -, An_1]), where \y = oA 1 =10,--- ,N—1.

Likewise, when A = (cosa, sina, —sina, cosa) is used, the
equation fA:(cosa,sina,—sina,cosa)(k) = foz(k) holds true. We
can also define graph linear canonical Laplacian operator as

Ly=FEA Fa. (20)

The inverse GLCT (IGLCT) is defined as f = Fif, =
QKHPHYHE,, which is equal to

N—-1N-1
= > fakam)sipi(k)ep. @D
k=0 1=0

Example 2. Perform the GLCT with parameters o = 1/3,

& =0, and B = 0.8 on the graph and graph signal in Example
[} The results are depicted in Fig. [I|(e) and (f), respectively.

Example 3. To further elucidate the role of GLCT, we vi-
sualize its feature vectors. Consider a K-nearest neighbors
(K-NN) graph with 100 vertices, where each vertex connects
to 4 edges. Figures [2| (a-c) depict the 9th, 49th, and 89th
eigenvectors of GFT. Figures [2| (d-f) illustrate the 9th, 49th,
and 89th eigenvectors of GLCT under parameters o = 1,
€ = 0.8, and 3 = 0.95. Figures[2|(g-i) illustrate the 9th, 49th,
and 89th eigenvectors of GLCT under parameters o = 0.4,

Fig. 1. (a) Sensor network graph. (b) Swiss roll graph. (c) A random signal
on (a). (d) A random signal on (b). (¢) The GLCT with 0 = 1/3, £ = 0,
B = 0.8 of (¢). (f) The GLCT with 0 =1/3, £ =0, 8 = 0.8 of (d).

£ =0, and B = 0.9. It can be observed that as the eigenvalues
increase, the eigenvectors become less smooth. The GLCT can
modify the smoothing mode by adjusting parameters, which
enables a better fit for various graph signals.

IV. VERTEX-FREQUENCY ANALYSIS METHOD
ASSOCIATED WITH GLCT

Like classical time-frequency analysis, the spectral trans-
formation of signals localized around a specific vertex n,
forms the fundamental formula for vertex-frequency analysis.
This spectral transformation is typically achieved using a
localization window. Hence, a generalized method for vertex-
frequency analysis, denoted as VGLCT, can be derived by
combining the GLCT with local window functions [8], [9].
The VGLCT is obtained by computing the GLCT of a signal
f(n) and multiplying it by a suitable vertex localization
window function, h;(n), resulting in the following expression

N—-1N
Vitfli k) = f

=0 =0

,_n

n)expi(k)kig (n).  (22)

3
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(a) (b) (c)
(d) (e) ()
(h) i

Fig. 2. Reshape the eigenvector to a 10x10 matrix. (a-c) The 9th, 49th, and
89th eigenvectors of the GFT. (d-f) The 9th, 49th, and 89th eigenvectors of
GLCT with 0 = 1, £ = 0.8, 8 = 0.95. (g-i) The 9th, 49th, and 89th
eigenvectors of GLCT with 0 = 0.4, £ =0, § = 0.95.

In general, the VGLCT initially localizes the signal around
vertex ¢ using the graph window function and then evaluates its
GLCT performance. Specifically, the graph window function
should have a value close to 1 at vertex i, indicating that the
vertex is in close proximity to vertex ¢ or its nearest neighbors.
Conversely, for vertices that are distant from vertex 4, the graph
window function should have a value close to 0, indicating
negligible influence on the analysis.

We can categorize the methods for constructing the graph
window into three categories:

o The window function is constructed based on the convo-
lution and translation operators of GLCT, leading to the
definition of windowed GLCT.

o By utilizing the spectral shift form of the kernel of the
bandpass function in the linear regular domain of the
graph, we can define GLCT-based wavelet transform and
S-transform.

o« A window function constructed based on the vertex
neighborhood can define local GLCT.

A. Windowed graph linear canonical transform

Unlike the traditional Fourier transform, the windowed
Fourier transform (or short-time Fourier transform) divides
the signal into a series of short-time windows and applies
the Fourier transform to the signal within each window to
obtain the spectral information of each window. In graph signal
processing, the windowed graph Fourier transform (WGFT)
has also been proposed [10]], [I1]. The basic idea is to define

the WGFT as the inner product of the signal f and a shifted
and modulated window function h. The WGFT is defined by
incorporating convolution, translation, and modulation opera-
tions into the graph signal [19]. In this section, we begin by
defining the graph linear canonical convolution operator and
the graph linear canonical translation operator. Subsequently,
we define the windowed graph linear canonical convolution
transform (WGLCT) by multiplying the signal f with the
translated window function prior to applying the GLCT.

Graph linear canonical convolution operator. Consider
two signals, f(n) and h(n), defined on a graph, with their
corresponding GLCTs represented as fA and h4. The graph
linear canonical convolution * 4 of these signals is defined as
follows

(f %4 h)(n) = IGLCT{ fa(k)ha(k)}
N—1N-1

=33 famhatam)sip (k)ep.  (23)
k=0 (=0

The concept of ’shift’ on a graph cannot be directly and
uniquely extended to graph signals using an analogy with clas-
sical signal shifts. In the realm of vertex frequency analysis,
there has been an intriguing effort to generalize convolution
and define corresponding shift operators on graphs. In this
context, we aim to further generalize the calculation of shifts
based on graph linear regularization transforms.

Graph linear canonical translation operator. For any
signal h(n) defined on a graph, and the delta function located
at a vertex ¢ € {0,1,--- , N — 1}, given by d;(n) = 6(n — i).
The GLCT of delta function d;(n), is given by

—1N-1
A (k) = GLCT{5;(n)} = Z > Si(n)expi(k) kg (n)
n=0 [=0
N-1
Z expi(k)rig) (7). 24)

=0

The graph linear canonical translation 77! is defined as

N-1N-1
T h(n) = (hxa 6;)( ha(
k=0 1=0
N-1
X (Z €xps(k)rsqs (i)> a(n)spf (k)eg.  (25)
s=0
Therefore, the WGLCT can be written as
N—-1N-1
Vh 1fG k) Z Z F()TAR (n)erpi(k)rig) (n)  (26)
n=0 1=0

where T/ h(n) is defined in . By applying the graph
window function T/ h(n) to the signal f(n) on each vertex,
and then summing over all vertices i, a constant overlap-add
relation is achieved. Then the inverse WGLCT is

N—1N-1

Z Z VTAhf i, k)ai(n)kipf (k)
k=0 1=0
(27

The basic form of this window, h(n), can be conveniently
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() (d)

Fig. 3. Graph linear canonical translation. The red dot in (a) (b) represents the
selected vertex ¢, while the green line represents the magnitude of the function
value. (a) T3Oh on sensor network graph (b) Tgoh on sensor network graph.
(c) Tmh on swiss roll graph. (d) Tzooh on swiss roll graph.

defined in the spectral domain, for example as H(k) =
ce T where ¢ denotes the window amplitude and 7 > 0
is a constant which determines the window width.

Example 4. Let H(k) = e /2 be the spectral domain-
defined window, and o = 1/3, £ = 0, § = 0.8. For the
sensor network graph depicted in Fig. [I] (a) in Example [I]
we performed local point frequency analysis on vertex 30 and
vertex 90, respectively. The results are displayed in Fig. 3]
(a) and (b). For the Swiss roll graph shown in Fig. [1] (b),
we conducted local point frequency analysis on vertex 30
and vertex 200, respectively. The corresponding results are
presented in Fig. B] (c) and (d).

Example 5. Consider the real part of graph signal as f1(n) =
R(s30(n)) +R(sso(n)) for the sensor network graph on Fig.
(a), where ¢i,(n) = Zﬁgl expi(k)rig) (n) is derived from the
graph linear canonical Laplacian matrix of the sensor network
graph. Let H(k) = ¢ 400 6 =1/3, ¢ =0, and 8 = 0.8,
the WGLCT of f1 is depicted in Figure 3] (a).

Example 6. Consider a signal on the Swiss roll graph shown
in Fig. [I] (b), fa(n N) = R(c20(n)) + R(ss0(n)) + R(s70(n)),
where ¢,(n) = >, ekpl(k)mql* (n). Here, ci(n) is derived
from the graph linear canonical Laplacian matrix of the Swiss
roll graph. Let H(k) = e 390 o = 1/3, ¢ = 0, and
B = 0.8, the WGLCT of f» is depicted in Figure 3] (b).

Below, we present a rapid computation approach for
WGLCT. In the traditional scenario of one-dimensional sig-
nals, the windowed Fourier transform can be computed by
taking the inverse FT from the so-called a-domain [19], [20],
[36]]. The a-domain is defined as the FT of the windowed
Fourier domain. We define «a-domain in linear canonical

domain by

a(u,u') = / VARG WAl (28)

where V;A f(l,u) represents the windowed LCT of f [23],
that is, applies LCT to V;Af(l,u). The fast WLCT can
be obtained by applying inverse LCT to « on the variable u’

Vst = [ a(wu)Ks

— 00

((Lu))dd. (29)

Similarly, we define the a-domain as the GLCT of WGLCT
in graph linear canonical domain as follows

—1N-1

}:E:m%fnk%mﬂmﬁm)

n=0 [=0

(30)

Then, the discretization of « is

—1N—-1N-1 N—-1N—-1N-1
7 %
YYYY s 2 ald)
n=0 [=0 m=0 r=0 d=0 y=0 ¢

X qs(n)rspg(d)eqgeapy (d)rygy (m)

X €k'Pr(7€/)f€rqr( Jerpi(k)rigy (n)
—1N—-1N-1N-1

353030 3p ptt

m=0 r=0 d=0 y=0 s=0
Xedpy(d) ydy (m)da
—1N-1

XYY s

m=0 r=0 y=0
X expy (k) kyq, (m). (3D

The fast WGLCT is achieved by performing the inverse GLCT
on the variable k£ with respect to «, that is

d)erpr (kl)’ir q, (m)

k)er pr (k/)’irq: (m)

—1N-1

- S

k=0 [=0

FVh 1[4, k n)k;p; (k)ey,

2

N—

H

f(k, k) ha(k

Jar(n)ripp (k)eg (32)

k=0 [=0

where
—1N-1

SX S o

m=0 r=0 y=0
x eupy (k)ryq; (m).

m)ep pr (k') krql(m)

(33)

Example 7. To compare the results of directly calculating
the WGLCT with those obtained through the fast calculation
method, we utilize the signals fi1 and fo from Example 4| and
Example |5| respectively. As depicted in Figure 4| it is evident
that both the fast calculation and direct calculation methods
vield the same results, indicating that they have an equivalent

effect.

B. Graph linear canonical domain localization

The classical time-frequency analysis method employs win-
dows for frequency localization in the spectral domain, en-
abling the derivation of the dual form of the time-frequency



JOURNAL OF KTEX CLASS FILES, VOL. 14, NO. 8, AUGUST 2021

Algorithm 1 Fast windowed graph linear canonical transform

Input:

Graph signal f.
An N x N matrix F (each row of F is the signal f).

Output:

The fast WGLCT matrix FV},.

1: Compute F4 = YPKQH.

2: Calculate f(k, k') using the expression F = [f(k, k)] =
(FoFI). Fa, where o represents element-wise multipli-
cation (Hadamard multiplication), and - denotes standard
matrix multiplication.

3: Construct a matrix where each row corresponds to the
GLCT of the window function

ha (ro) ha (k1) ha (kn-1)

ha (ko) ha (k1) ha(kn=1)
Ha= : : :

ha (ko) ha(ka) oo Fia (ko)

4: Compute the a-domain representation by multiplying F
and HY, i.e., a = HY - F.

5: The fast WGLCT at each vertex is obtained by applying
inverse GLCT to o, i.e., FVf,2 =F4- .

Fig. 4. (a)The WGLCT of f; in Example EI (b)The fast WGLCT of f; in
ExampleEI (¢)The WGLCT of fs in Examplel 5| (d)The fast WGLCT of fa
in Example [5

analysis method using the DFT of the original signal and the
spectral window. Similarly, for graph signals, we can apply this
method to localize them in the graph linear canonical domain
and obtain VGLCT. For graph signals, we can also employ
this approach to achieve localization in the spectral domain.
In this case, the VGLCT is obtained as the IGLCT of f(z),
which is localized using a spectral domain window H (k — z)
centered around the spectral index k [9]. Thus, the VGLCT

(a) (b)

Fig. 5. The WGLCT of graph signals. (a) The WGLCT of a signal on sensor
network graph. (b) The WGLCT of a signal on swiss roll graph.

can be expressed as follows

—1N-1

Vi f (i, k) Z Y fa)H(k = 2)a(n)sipi (2)e;. (34)
p=0 [=0

It can be imlemented using band-pass transfer functions,
H(k—2z)= Hk()\z), as
—1N-1

Vinaf (i, k) Z > fa@H)a(n)sp; (2)ek. (35)
p=0 1=0

The spectral domain localization window for a band-pass
graph system can be expressed as a transfer function using
eigenvalues ), as the center and its surroundings [9], [12]. It
is defined in a polynomial form, represented by the following
equation

Hy(X\.) = hog +highs + - +ho 1 270 (36)

where C reprents the polynomial order, and kK = 0,1,--- , K —
1 with K being the number of bands. Then the elements
Vitaf(i,k),i = 0,1,--- ,N — 1 of the VGLCT matrix V',
can be written in a matrix form
vy = IGLCT{fa(2)Hy(\.)} = QK 'PHY 0 Hy(A4)
= QK 'PTT HL(A4)TPKQT T
c—1
= Hy(LA)E = ) b k L3E

m=0

(37)

where th ,k: =1,---,K — 1 is the column vector with
elements Vh S f (4, k) i=0,1,--- ,N — 1, and Hp(Ay) is
a diagonal matrix with elements Hy()\.),z = 1,2,..., N. In
this scenario, the number of shifted windows, K, is not related
to the total number of indices N.

Based on this formulation of the VGLCT, we can further
define two specific vertex-frequency analysis methods: the
graph linear canonical wavelet transform (GLWT) and the
graph linear canonical stockwell transform (GLST).

1) Graph linear canonical wavelet trasform: In classical
signal processing theory, time-frequency analysis and wavelet
transform share common objectives. However, these two
domains are typically treated independently. Classic time-
frequency analysis aims to explore the frequency and time
characteristics of non-stationary signals. This approach finds
widespread application in signal processing, communication,
and audio analysis for tasks like signal analysis, parame-
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ter estimation, detection, and denoising. On the other hand,
wavelet analysis offers a multi-resolution approach that cap-
tures both local and global signal features. Through detailed
and approximate decomposition of the signal, wavelet analysis
enables tasks such as signal compression, denoising, and
feature extraction.

In graph signal processing, it is often assumed that these
two signal processing methods are equivalent. Therefore, only
the GLWT, which is directly linked to frequency variation
(VGLCT), is considered. It can be seen as a specific instance
of vertex-frequency analysis, rather than a transform for graph
signal compression and its wavelet-like multi-resolution anal-
ysis.

Linear canonical wavelet operators. Assuming a band-
pass filter behavior, the wavelet definition in the spectral
domain can be represented by H()\,) as the basic form. We
define the linear canonical wavelet operator at scale s; as

Ty f(2) = H(s;).)f (2)
where j = 1,---,J. This operator is achieved by applying
each linear canonical mode to a given function f.

Employing the IGLCT on (38) yields

—1N-1

ZZHSJ

z=0 =0

(38)

Ja(n)ripp (2)ez. (39)

The linear canonical wavelets are then realized through local-
izing it by applying it to the impulse on a single vertex
N-1N-1

Vs, i(n) =Ty 6i(n) = (sjA2)

H
z=0 [=0
(Z expr(k)krgy (i )) a(n)rip;(z)eZ.  (40)

The GLWT is defined as

(4,55) Z f(n 77&9] i
N—1N—-1N-— e N—-1
=y Z Z (Z ekprw)mq:(z‘))
n=0 p=0 r=0
x m(n)nfpf(z)ef;
N—1N-1 )
= H(s;):) fa(2)a(n)sp; ()€ @1
p=0 [=0

Example 8. We use wavelet generation kernels similar to
Meyer wavelets [37], defined as

- bm( ( |)\|—1) iF A <A< A

H(\) = (42)
cos( ( |)\|71) if Ao <A< g

where v(x) = z4(35 — 84x + 702% — 2023), and N\ = 2/3,

)\2 = 2X1, A3 = 4X1. The J wavelet scales are defined as

=20\ forj=1,---,J, where A\ is obtained by

the linear caonical Laplacian matrix (7). To handle the low-

pass spectral components (the interval for \ closest to A = 0),

(d) (e)

Fig. 6. Graph linear canonical wavelet on Fig. |} The red dot represents the
selected vertex ¢ = 90, while the green line represents the magnitude of the
function value. (a) Wavelet kernels H(s;\;). (b) s1 = 1.693,7 = 90. (c)
so = 0.846,¢ = 90. (d) s3 = 0.423,7 = 90. (e) s4 = 0.212,7 = 90.

the low-pass type scale function, G(\) is added in the form

1 iFA< M
{cos( (|)\|—1) A <A< Ay

Let J = 4, the generated linear regular wavelet kernel is
shown in Fig.[6] (a). Assuming values of 0 = 1, { = 0 and 8 =
0.98, we can derive four scales: s; = 1.693, so = 0.846, s3 =
0.423, and sy = 0.212. By centering the wavelet on vertex 90,
we can compute it and visualize it in Fig. @ (b)-(e).

G(\) = 3)

2) Graph linear canonical Stockwell trasform: The Stock-
well transform is a time-frequency analysis technique that
shares similarities with both the wavelet transform and the
windowed Fourier transform. The S-transform can be consid-
ered as an extension of the WT and WFT, offering a variable
time-frequency resolution by using a variable-sized Gaussian
window that adapts to the local characteristics of the signal.

Graph linear canonical modulation operator. For any sig-

nal f(n) defined on the graph G and any k =0,1,--- ,N —1,
define the graph linear canonical modulation M7 by
N-1
M f(n) = ) fm)a(n)s;p; (k)es. (44)
1=0

The graph linear canonical Stockwell trasform can be de-
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() (d)

Fig. 7. (a)The GLWT kernel with s3 = 0.423,% = 90 on Fig. EI (a).
(b)The GLST kernel with s3 = 0.423,7 = 90 on Fig. m (a). (¢)The GLWT
kernel with s3 = 0.423,7 = 90 on Fig. (b). (d)The GLST kernel with
s3 = 0.423,¢ = 90 on Fig. EI (b).

fined as modulation of the GLWT [32]. For s = 1, denote its
corresponding GLWT as W$ (4,55), the GLST is defined as

N—-1
i) = 3 Wik(i, sy au(i)sipi (k)el
=0
N—1N—-1N-1 .
=350 3 Hisih) fap)ar (n)ripi(2)es
=0 z=0 r=0

X qu(i)rypp (k). (45)

Example 9. Briefly compare the differences in kernel func-
tions between GLWT and GLST. Utilizing the basis function
provided in Example [§ set the linear canonical parameter
uniformly to 0 =1, £ =0, = 0.9 and select vertex 30. The
resulting figure illustrates the outcome (Fig. [7).

Example 10. Considering a path graph with trivial edge
weights, we examine the signal f3 = sin(60mn/N), where
1 < n < 256. This signal represents a sampled sinusoidal
waveform with a single frequency. Continuing with the uti-
lization of the wavelet from Example 8| we set the parameters
as J =4, 0 =05, £ =0, and § = 1.04. As a result, we
obtain four scales: s; = 1.819, so = 0.909, s3 = 0.455,
and s4 = 0.227. Figure 6 depicts the GLCT and GLST of the
signal f3 at scale s3 = 0.455.

3) Chebyshev polynomial approximation: When employing
a bandpass function in the windowing process and directly
calculating it, conducting spectral analysis on the complete
graph becomes imperative for deriving the basis function. To
facilitate efficient computation, this section presents a polyno-
mial approximation method grounded in the bandpass function
Hy()\). This method enables vertex-frequency analysis using
solely local signals and graph connections, thereby enhancing

(b)

Fig. 8. (a) The GLWT of signal f3. (b) The GLST of signal fs.

computational speed.

The discrete points A = ), are employed for the bandpass
function Hy (). However, since the polynomial approximation
is continuous for 0 < A < A4z, the “min-max” Chebyshev
polynomial is naturally selected as it exhibits the least devia-
tion from the desired bandpass function. This choice ensures
the accuracy of the approximation. When the weight function
is p(z) = ﬁ, the orthogonal polynomial obtained by
orthogonalizing the sequence {1,z,---,2™,---} is known
as the Chebyshev polynomial, which can be represented as
T (xz) = cos(marccosz), where |x| < 1. The Chebyshev
polynomial has the following important recursive relationships

Toy1(x) = 22T, (x) — T—1(x), m=1,2,---

To(z) =1, Ti(z) = «. (46)

By employing finite (M — 1)-order Chebyshev polynomials
to approximate the spectral domain localization window in
@6, ie., Hu(La) = Poar—1(La),k = 0,--- , N — 1. The
approximation has the form

M-1
~ Ck,0 ~
Piy-1(N) = == + mz:jl Sty Tin (V) (47)
where Ty, (\) = 5—22—T,, is utilized to map the argument

from the interval 6az§ A < Apaz to the interval [—1,1].
The Chebyshev coefficients are obtained by the Chebyshev
polynomial inversion property, that is
- -
P 1(AN) T (A
chom = & [ Dot g,
’ 2 )4 V1-— )2
This implementation is particularly noteworthy when the graph
represents large-scale data.

(48)

Example 11. Considering the path graph and utilizing the
signal fs from Example [I0 along with the wavelet mentioned
in Example [8) we proceed with the following parameters:
J=40=1 & =0, and B = 0.98. By applying these
parameters, we obtain six scales: s; = 8.611, so = 4.306,
s3 = 2.153, s4 = 1.0764, s5 = 0.538, and sg = 0.269. We
obtained six filter kernels at different scales, as depicted in
Fig. [0 (a). Subsequently, we approximated these wavelet ker-
nels using a 30th order Chebyshev polynomial. The resulting
approximation is presented in Fig.[9 (b). Fig.[9 (c) illustrates
the vertex-frequency representation results obtained using the
original filter at scale sy = 1.0764, while Fig. [9) (d) displays
the corresponding results obtained using the approximation
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5 8 8 8 § § § &

Fig. 9.

(a)The GLWT kernel with s3
(b)The GLST kernel with s3 = 0.423,¢ = 90 on Fig. m (a). (¢)The GLWT
kernel with s3 = 0.423,7 = 90 on Flg EI (b). (d)The GLST kernel with
s3 = 0.423, 1—900nF1g @ ®.

= 0.423,i = 90 on Fig. []] (a).

filter.

C. Localized graph linear canonical transform

The methods mentioned above all operate in the linear
canonical domain of the graph. In this section, we discuss a
vertex domain localization method denoted as localized graph
linear canonical transform (LGLCT). Let d,,; represent the
length of the shortest path from vertex i to vertex n. We
then define the localized window function as h(d, ;), where
h(-) represents any basic window function commonly used
in classical signal processing. For instance, the Blackman
window can be employed [38], which is defined as follows

m) + 0.08cos <47rdm)
n n
(49)

where 7 is the assumed window width.

The distance d,; can be calculated using the adjacency
matrix A. In an unweighted graph, a vertex belonging to
a neighborhood of vertex ¢ is represented by a unit value
element in row ¢ of the adjacency matrix A. In the case of a
weighted graph, the adjacency matrix A can be derived from
the weighted matrix W by taking the sign of each element,
i.e., A = sign(W). Then we define the following matrix form

h(dn,;) = 0.42 — 0.5cos <

A 1A dni =1
T TV AOAG, 1) o1 —Ag,,1)o(1—T) dy;>2
(50)

where © represents the logical (Boolean) matrix product, o
denotes the Hadamard (element-by-element) product, and 1
is a matrix with all elements equal to 1. The ¢-th row of the
matrix (A®Ad,, ; — 1) provides information about all vertices
connected to vertex ¢ through walks of length K = d,; or

(b)

Fig. 10. The LGLCT of graph signals. (a) The LGLCT of signal fa. (b) The
LGLCT of signal f5.

lower. It is important to note that the element-wise multipli-
cation of (A ® Ad,; —1) by the matrix (1 — Ad,; —1)
removes the vertices connected by walks of length d,, ; — 1,
while the multiplication by (1 — I) eliminates the diagonal
elements [9].

For a window function h = [h(0),--- ,h(N — 1)]T €
RY the localized window function (denoted as Tpah =
[Tah(n,%)] 1 n_y1) With assumed graph window width 7
can be given by

Tah = h(O)I+ h(1)A; +---+h(n—1)A,_1.  (51)
The LGLCT of a graph signal f(n), then becomes
~1N-1
Vh 3f (i, k) Z Z f(n)Tah(n,i)exp(k)kigf (n). (52)
n=0 1=0

Example 12. Given a path graph with trivial edge

weights, we consider the following two time series:
in(60rn/N), 1<n <128

fa s?n( m/N), 1<n< is a sampled si-
sin(90mn/N), 129 < n < 256

nusoidal signal with two different frequencies, fs(n) =
sin ((20n—|— 0.5n2) 7T/N) ,1 < n < 256 is a chirp signal.
The LGLCT of signals f4 and fs5 is depicted in Fig. [I0}

V. FILTER DESIGN

Within a basic veryex-frequency analysis framework, differ-
ent filter selections can correspond to various transformations.
The selection of an appropriate filter is crucial in practical
applications. For instance, different spectral graph neural
networks mainly rely on distinct filter learning approaches
[24]-[26]). Therefore, in this section, we will initially explore
optimization learning methods for filters and subsequently
apply them to image classification tasks.

A. Optimal Filter

In Section the graph linear canonical convolution op-
erator was presented as fx 4 h = }'f (Faf ® F4h), as shown
in (23), where © reprents a point-wise product. In general,
designing filters on a graph involves designing a d1ag0na1
matrix H(A,) = diag(h), where h = [hy, ho, -+, hy]T.
Then, the graph linear canonical convolution operator can be
rewritten as

frah=FEH(AL)Faf = H(LA)E. (53)
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It follows that the signal f is filtered by H(L ).

Remark 1. Extending convolution to inputs £ with multiple
input channels is a straightforward process. If f is a signal
with M input channels and N locations, we apply the GLCT
Fa to each channel independently. Then, to perform the
convolution, we utilize multipliers h = (hij;t < N,j < M).

Consider an input signal f, where the actual output signal
is represented as

where G is a known matrix, n is the additive noise term, and
f is a stochastic graph signal [27].

Our next objective is to learn an optimized filter that min-
imizes the loss function while predicting the output signal g.
We define the squared loss function as R(H) = = |[H(L4)f —
g||%. Therefore, our objective is to design the matrix H(L )
to solve the following optimization problem

1
VLA — g7 (55)

min
H

for any A. Subsequently, we will explore different possible
values of A to identify A* that minimizes the loss.

Theorem 1. The problem defined in (53) will yield identical
loss values for any A if there are no constraints on H(L 4).

Proof. Consider any parameters A; and As such that A; #

As, and define
H(A4,) = argmin {|[H(L4,)f ~ 8|3} ©6)

where j = 1,2. We note that for any choice of H(A4,)),
according to j = 1 in (56)), we have

H]:,{Q_Il AA1)]:A1f gHF

Then, by choosing H(A) = F4, H
from j = 2 in (36) that

(Aa,)Fa,f - gHF
Similarly, it can be easily shown that

2
AAz)]:Agf gHF AA1)}—A1f_gHF'

Therefore, we can conclude that the same minimum value is
achieved for any A; and As. O

| P () Farf gl

(EAQ)]:Al, we can obtain

174 H | FE (A, Faut — ][

174, ( |74, H

By deriving the objective function in (56), we can identify
the optimal solution. The subsequent theorem delineates the
solution to the optimal filtering problem stated in (56).

Theorem 2. For the problem in (56), the optimal filter
coefficients WP = [h¥",--- BT are obtained from the
following matrix equation

(.FAf(D]:Af)].N @hopt (fAfG}'Ag) 57
Proof. Consider a fixed parameter A, the squared loss function

is expressed as R = + || FH(A)Faf — g||%.. We rewrite it

10 —— Ideal filter
optimal filter
—— Leaming filter

Fig. 11. Ideal Filter, optimal filter and learning filter.

in the spectral domain as

= —||H( )Faf — Fagllz- (58)
Taking the derivative of R with respect to h, we obtain
ViR = % (}'Af ® (h® Faf - ng)) Iy. (59
Let ViR =0 and ho?t = [a",--- A% T, we obtain
(Faf © Faf)ly @ b = (Fuf © Fag)ly. (60)
O

Example 13. Consider the graph structure depicted in Ex-
ample [3| where the spectral content of the graph signal
length on each vertex follows a normal distribution, i.e.,
fo(k) ~ N (e 152 (e=1-5%M /2)2). Thus, the graph signal
fo is a matrix of size 100 x 200, where fs(n) = FLfs(k)
denotes the signal on the nth vertex, a vector with a length of
200. Let the parameters of GLCT be set to 0 = 1.5, £ = 0.5,
B = 0.95. The ideal filter is defined as hj, = e~ >, where
k=20,---,N — 1, and the noise term n follows a normal
distribution n ~ N(0,0.12). Consequently, the actual output
signal is given by g = FEH(A)Fafs + n. According to
Theorem [2] the optimal filter design result can be derived.
Figure [[1)illustrates the obtained optimal filter result depicted
by the orange curve, while the blue curve represents the ideal
filter.

B. Learning Filter

In the aforementioned optimal filter design method, the
gradient of the loss function constitutes a non-convex function,
rendering it challenging to guarantee the discovery of the
global optimal solution. To accommodate diverse datasets and
problem scenarios more flexibly, optimization algorithms like
gradient descent can be employed for filter learning. This is
particularly pertinent when dealing with more intricate models
or elevated performance criteria. Furthermore, alongside the
fundamental gradient descent method, numerous enhanced
optimization algorithms exist, including stochastic gradient
descent (SGD), the momentum method, Adam, Adagrad, and
others. These algorithms offer various advantages tailored to
different problem domains, aiding in expediting convergence
and enhancing algorithmic performance.
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Here, we introduce a method for learning filters via SGD,
which serves as the groundwork for future advancements in
spectrogram neural networks, as shown in Algorithm

Algorithm 2 SGD-based filter learning algorithm
Input:
Input graph signal: f, Target signal: g.
Initial value of filter: HO.
The parameters of GLCT: A = (¢, 0, f3).
Learning rate: ¢, Size of the mini-batch: Ny, Stopping
criterion, Maximum number of iterations.
Output:
The learned filter: H*®d = diag(h®?).
Loss function value: R(H).
1: Compute F4 = TPKQ™.
2: Compute the loss function in of the initial filter:
R(HO).
3: Let H®¢ = HO.
4: while the stopping criteria are not met do :
Retrieve a mini-batch of samples with a length of Ny,
from the training set.
Calculate the gradient of the loss function: Vﬁ,gdf% =

2 (fAf © (b © Fuf — ng)) 1y.
Filter update: hsed — psed _ €V s R.
end while

5: Compute the loss function in (58) of the learned filter:
R(H™29),

Example 14. Continuing with the consideration of the graph
signal £ and target signal g in Example we set the initial
filter to a random sequence following a standard distribution,
ie, O ~ N(0,1). The parameters of GLCT are set to o =
1.5, £ = 0.5, and B = 0.95, with a learning rate of ¢ = 0.6, a
mini-batch size of Ny = 100, a stopping criterion of 0.001,
and a maximum number of iterations of 100. The final learned
filter is depicted in Figure 10, where the green curve represents
the result.

C. Image Classification based on designed filter

In addition to the direct utilization of advanced filters [30],
[31], many researchers also employ polynomial form filters,
which are extended in polynomial form (e.g., Chebyshev poly-
nomial expansion as discussed in Section [[V-B3). Polynomial
filters offer the advantages of achieving locality and reduc-
ing learning complexity. Several notable examples include
CheyNet [28]], GPRGNN [29], JacobiConv [26]], among others.

In this section, we employ the filter representation of
Chebyshev polynomials. Subsequently, leveraging this filter
formulation, we construct a fundamental linear learner for im-
age classification described as H(A) = Z%:_Ol CroomTim(A),
where ¢y, ,, represents the polynomial coefficient, as eluci-
dated in (@8)). This coefficient ensemble forms the essential
parameter set for training the learner layer. To augment the
fitting capability of the learner, a parameterized weight matrix
© is introduced to perform radial transformations on the
input graph signal matrix, yielding g = F{H(A)FafO.

The squared loss function in spectral domain is expressed
as R = L|H(A)FafO — Fag|%. Subsequently, the filter
undergoes training using Algorithm to address image
classification tasks.

To assess the validity of our model, we applied it to the
Euclidean scenario using the benchmark MNIST classification
problem [28]], which comprises a dataset of 70,000 digits
depicted on a 2D grid measuring 28 x 28. We specifically
focused on discriminating between the challenging digits 4 and
9, each comprising 6,824 samples, totaling 13,648 instances.
For our graph-based model, we constructed a 4-NN graph from
the 2D grid, resulting in a graph with N = ||V|| = 784 nodes.
The weights of the K-NN signilarity graph were computed
using w;; = exp (—HZ;%”Z) where z; denotes the 2D
coordinate of pixel 7. For the dataset comprising 13,648
samples, 70% were randomly selected for training, while the
remaining 30% were allocated to the test set.

Example 15. Let the parameters of GLCT be 0 = 0.5, £ =0,
and B = 1.1, with a learning rate of ¢ = 0.001. The degree of
the Chebyshev polynomial is M = 10. The accuracy achieved
on the training set is 95.15%, while the accuracy on the test
set is 93.58%.

Example 16. We conducted tests on the varying outcomes
of the linear canonical parameter amidst minor fluctuations,
while keeping all other parameters constant (change o and
B, , keeping & = 0 fixed). As depicted in Table |l} the highest
accuracy was attained when the parameters were o = 0.9,
£ =0, and B = 0.5. This suggests that fine-tuning the linear
canonical parameter can enhance model performance.

VI. CONCLUSION

This paper proposes a new graph linear canonical transform
(GLCT). Furthermore, we discuss the vertex-frequency anal-
ysis framework based on this GLCT, delving into the specific
delineations of different vertex-frequency analysis methods
defined by various types of filters. Lastly, we examine filter
design, encompassing optimal design and filter learning based
on stochastic gradient descent, and apply them in image
classification. The GLCT proposed in this paper demonstrates
promising application prospects, with the filter design section
akin to the convolutional layers of spectral graph neural
networks (SGNNs), which can potentially be employed in
large-scale SGNNSs in the future. Subsequently, we will delve
deeper into exploring the impact of linear canonical parameters
to ensure their widespread applicability in practice.
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