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Cell-free Massive MIMO with Sequential Fronthaul
Architecture and Limited Memory Access Points

Vida Ranjbar, Robbert Beerten, Marc Moonen, Sofie Pollin

Abstract—Cell-free massive multiple-input multiple-output
(CFmMIMO) is a paradigm that can improve users’ spectral
efficiency (SE) far beyond traditional cellular networks. Increased
spatial diversity in CFmMIMO is achieved by spreading the
antennas into small access points (APs), which cooperate to serve
the users. Sequential fronthaul topologies in CFmMIMO, such
as the daisy chain and multi-branch tree topology, have gained
considerable attention recently. In such a processing architecture,
each AP must store its received signal vector in the memory until
it receives the relevant information from the previous AP in the
sequence to refine the estimate of the users’ signal vector in
the uplink. In this paper, we adopt vector-wise and element-wise
compression on the raw or pre-processed received signal vectors
to store them in the memory. We investigate the impact of the
limited memory capacity in the APs on the optimal number of
APs. We show that with no memory constraint, having single-
antenna APs is optimal, especially as the number of users grows.
However, a limited memory at the APs restricts the depth of the
sequential processing pipeline. Furthermore, we investigate the
relation between the memory capacity at the APs and the rate
of the fronthaul link.

Index Terms—Uplink Cell-free Massive MIMO, Sequential
Fronthaul, Sequential Processing, Limited Memory Capacity.

I. INTRODUCTION

Massive multiple-input multiple-output (mMIMO) technol-
ogy is one of the critical enablers for ambitious future wireless
communication networks. It enhances users’ spectral efficiency
(SE), system energy efficiency (EE), and reliability with low-
cost hardware at both receiver and transmitter [2]. Massive
MIMO makes it possible to separate the users spatially rather
than using time/frequency orthogonalization, thanks to the spa-
tial diversity it brings. Reusing the time/frequency resources
increases the average throughput of users in the network. Cell-
free massive multiple-input multiple-output (CFmMIMO) is a
new paradigm that can further improve the SE of the users. In
CFmMIMO, the antennas are spread into many small access
points (APs) rather than being collocated in large base stations,
as in traditional cellular networks. The APs cooperate to serve
the nearby users, which mitigates the adverse effect of large-
scale fading on the users’ signal-to-interference-plus-noise-
ratio (SINR) and provides uniform service to all the users [3],
[4]. In other words, in a distributed network with the antennas
distributed in small APs where multiple APs are serving each
user, the probability of having a poor channel gain is lower
than in a traditional cellular and small-cell system where only
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one AP serves each user [3], [4], a consequence of the so-
called macro diversity phenomenon.

Initially, a CFmMIMO network was conceived as having
multiple distributed APs, each with one/multiple antennas, ran-
domly distributed in an area and cooperatively serving all the
users [3]–[5]. Two main operational methods were introduced
in the uplink. First, the APs can locally process their received
signal vector and estimate the users’ signal vector. Then, the
local estimates are sent to a central processing unit (CPU) to
estimate the users’ signal vector globally. Second, the APs can
act as relays, forwarding their received signal vector and local
channel estimates to the CPU. The CPU then solves a network-
wide optimization problem to estimate the users’ signal vector.

Recently, sequential fronthaul has been introduced in CFm-
MIMO networks in which the estimate of the users’ signal
vector is refined through the sequential fronthaul [6]–[10],
possibly without an intermediate CPU. In such a sequential
fronthaul, the APs along the sequence need to store their
raw/pre-processed received signal vector until they receive the
estimate of users’ signal vector from the previous APs in the
sequence to be able to refine them. Thus, the delay of the final
estimation of the users’ signal vector and the memory available
at the last AP becomes a bottleneck. On-chip cache memory
can be a good candidate for the memory requirement at the
APs. On-chip caches are fast, energy-efficient, and usually
of low capacity, making efficient usage of their capacity
important. Storing the local received signal vector in a limited
capacity memory may impose a compression noise on the
stored received signal vector, especially at the APs toward the
end of the sequence due to the large number of received signal
vectors to be stored. As a result, the users’ signal estimation
quality will be adversely affected. This paper studies the
impact of low-capacity memory on the average per-user SE
in the uplink of a CFmMIMO, with the assumption of perfect
channel state information (CSI), using either vector-wise or
element-wise compression to store the received signal vectors
in the memory. The fronthaul is a daisy chain, and each AP
along the fronthaul refines users’ signal estimates sequentially,
starting from first AP to the last AP. The limited memory
problem in a daisy chain fronthaul is discussed in subsection
II-B. This paper considers sequential fronthaul similar to Fig.
1, which illustrates the daisy chain vs. multi-branch tree
fronthaul topology for eight APs. Suppose that the processing
level corresponds to the level of the tree in which a reference
AP resides. The processing level in a given tree structure
determines the number of the stored received signal vectors.
In a daisy-chain topology, each AP has a distinct processing
level. However, in the multi-branch tree in Fig. 1, multiple
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Fig. 1. Data flow in Daisy chain (Top) vs multi-branch tree (Bottom) fronthaul
topology.

APs can be on the same processing level. For example, in
Fig. 1, AP 1 is at the first processing level, AP 2, AP 4, AP 6
and AP 8 are at the second processing level, AP 3 and AP 7
are the third processing level, and finally AP 5 is at the forth
(last) processing level.

A. Related works

Aside from limited capacity memory, non-idealities such
as limited bandwidth fronthaul links, hardware impairments,
and low-resolution analog to digital converters (ADC) in (CF)
mMIMO networks affect the users’ signal vector estimation
quality. The impact of such non-idealities on the users’ SE
and EE is discussed in [11]–[22], among others. The authors
in [12] show in which scenarios the correlation between the
distortion vector element in a massive MIMO network with
hardware impairment has a negligible impact on the users’
SE. The ADC bit allocation among antennas in a massive
MIMO network is discussed in [13]–[16]. In [14], the SE
maximization is considered to find the optimal number of
ADC bits of different antennas, subject to a constraint on the
total number of bits or power consumption. The authors in
[16] consider adaptive intra-AP and inter-AP bit allocation
for ADCs at the APs. First, the authors consider channel
estimation in the uplink and minimize the sum-weighted
normalized mean square error (SWNMSE) to find optimal
bit allocation among the antennas of one AP (intra-AP) and
subsequently among the antennas of different APs (inter-AP).
Furthermore, the ADC bits are allocated to the APs during data
transmission based on the solution of a sum-SE maximization
problem. In general, the solutions to the optimization problems
show that in the case of intra-AP bit allocation, equal bit
allocation to the antennas is optimal as all the antennas of one
AP experience the same large-scale fading. However, when
it comes to inter-AP bit allocation, different APs are assigned
different numbers of bits based on their overall channel gain to
the users. Intuitively, the APs with larger overall channel gains
for users are allocated more bits. Furthermore, increasing the
number of users reduces the variance of the allocated bits to
different APs, as the variance of the received signal between
antennas of different APs reduces with increasing users.

B. Contribution

To the best of our knowledge, this paper together with
its short conference version [1] are the first to identify the
problem of limited memory availability in sequential process-
ing and fronthaul topologies. Our main contributions are then
summarized as follows:

• We consider a CFmMIMO network with sequential fron-
thaul where the APs have limited memory along the
sequence. The sequential fronthaul can be a daisy chain
or organized in a multi-branch tree.

• We formulate a maximization problem on the upper
bound of users’ sum-SE to find the optimal per-AP
compression noise covariance matrix for both element-
wise/vector-wise compression under a limited memory
constraint. This covariance matrix could be used to design
optimal compression methods that are not considered
here.

• To use the limited memory capacity more efficiently,
vector-wise compression is favored over element-wise
compression. However, element-wise compression is used
in practice due to its lower complexity. To avoid vector-
wise compression without compromising performance,
we propose pre-processing the local received signal vec-
tors with the principal component analysis (PCA) method
to decorrelate the dimension of the received signal vector
and then compressing the elements of the pre-processed
vector element-wisely.

• We consider two general memory models: 1) fixed per-
AP and 2) fixed total memory constraints. We relate the
memory capacity at the APs to the maximum rate of the
fronthaul links.

• We provide simulation results on the impact of the limited
memory at the APs on the optimal number of APs in the
network with a daisy chain fronthaul topology. Having a
fixed total memory budget, we compare equal or linearly
increasing memory allocation schemes to the APs and
compare the optimal processing length of the sequential
fronthaul in both cases. In addition, we consider a multi-
branch tree topology as an alternative fronthaul topology
and study the impact of limited memory capacity in
scenarios where processing along the branches can be
parallelized.

• In contradiction to most existing state-of-the-art, we find
that spatial diversity does not come free in a sequential
processing topology. We must take into account that
APs toward the end of this sequence need to store an
exceedingly large number of received signal vectors and
thus negate the effect of increased macro diversity by
introducing significant compression noise on the stored
received signal vectors.

C. Outline

The remainder of this paper is organized as follows. In
Section II, the overall system model and the problem is
defined. In Section III, the processing and compression of the
received signal vector in the memory in each AP is elaborated
on. Section IV introduces the memory capacity and allocation
models in the considered fronthaul topologies. Furthermore,
it elaborates on the maximum rate of the fronthaul links
connecting two APs in a daisy chain fronthaul with different
memory models. Section V analyses the simulation results,
and Section VI concludes the paper.
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TABLE I
PARAMETERS

Parameter Description Symbols Parameter Description Symbol

Number of users K Coherence time Tc

Number of APs L Coherence bandwidth Bc

Number of antennas per AP N Number of samples in one Coherence Block τc
Total memory capacity CT Number of subcarriers of an OFDM symbol Nsc

Memory capacity per AP CAP OFDM Symbol time Ts

Memory capacity per subcarrier in each AP Csc Total bandwidth B
User’s transmit power p Receiver noise power at the APs σ2

D. Notation
Vectors and matrices are denoted with boldface lower-case

and upper-case letters, respectively. Transpose and conjugate
transpose operations are denoted by superscripts T and H,
respectively. For two matrices A and B, A ⪰ B means
that A − B is positive semi-definite. A zero-mean multi-
variate circularly symmetric complex Gaussian distribution
with covariance matrix X is represented as CN (0,X). The
mean of x is denoted by E{x}, H(x) is the differential
entropy of x, and I(x; x̂) is the mutual information between
x and x̂. Euclidean norm of x is shown as ∥x∥. Furthermore,
X = blkdiag(X1, . . . ,XL) is a block-diagonal matrix with
matrices Xi,∀i as diagonal blocks. diag(x) denotes a diagonal
matrix with the elements of x as its diagonal elements and
diag(X) denotes a diagonal matrix with the same diagonal
elements as X. det(A) returns the determinant of the square
matrix A. N ×N identity matrix is shown as IN . X1/2 refers
to the square root of matrix X and superscript H/2 indicates
the conjugate transpose of square root.

II. SYSTEM MODEL AND PROBLEM STATEMENT

Distributed processing is a necessity in CFmMIMO, as it
avoids overloading a single AP/CPU with massive computa-
tions, and it enables truly scalable implementations and hence
large-scale deployments [5], [23], [24]. Distributed processing
has become even more attractive with the growing interest
in the sequential fronthaul topologies [7]–[10]. The multi-hop
path between any AP and the CPU in sequential fronthaul
enables serializing local processing in each AP.

A. Recursive Least-squares (RLS) for uplink signal estimation
We consider distributed uplink signal estimation using the

RLS method in a CFmMIMO network with daisy chain fron-
thaul topology, inspired by [8], [25], [26]. There are L APs,
each having N antennas and a limited memory to store the
received signal vectors in the uplink. The APs are connected in
a daisy chain topology, all jointly serving each of the K users
in the uplink. The received signal vector at AP l is defined as
follows:

yl = Hls+ nl, (1)

where s ∼ CN (0, pIK) is the users’ signal vector and nl ∼
CN (0, σ2IN ) is the noise vector at AP l. Matrix Hl ∈ CN×K

is the local channel matrix between AP l and the users. Each
column of Hl is a multi-variate circularly symmetric complex
Gaussian random vector, distributed as follows:

Hl[:,k] ∼ CN (0,Rkl), (2)

where subscript [:, k] represent the kth column of Hl and
Rkl is the spatial correlation matrix [27] and βkl =

trace(Rkl)
N .

The network-wide channel matrix, received vector, and noise
vector are given as H =

[
HT

1 , . . . , HT
L

]T
, y =[

yT
1 , . . . , yT

L

]T
and n =

[
nT
1 , . . . , nT

L

]T
, respectively.

We assume a block fading model in which the channel matrix
H remains constant in a coherence interval of τc = BcTc

samples, with Tc and Bc the coherence time and coherence
bandwidth of the channel, respectively [28]. Out of τc samples
in one coherence block, τu samples are used for uplink
transmission.

AP l stores a compressed version of the received signal
vector in the memory. As a result of compression, a noise
vector is added to the received signal vector. Section III
elaborates on the compression model using rate-distortion
theory. For now, assume that the compressed version of yl

is represented as ŷl and is formulated as follows:

ŷl = yl + ql = Hls+ nl + ql, (3)

where zl = nl + ql is a spatially correlated noise vector
with zero mean and covariance matrix Zl = E{zlzH

l }. Vector
ql is the compression noise vector. The network-wide com-
pressed received signal and noise vector can be expressed as
ŷ =

[
ŷT
1 , . . . , ŷT

L

]T
and z =

[
zT
1, . . . , zT

L

]T
, respec-

tively. The noise vectors among the APs are assumed to be
independent, i.e., Z = E{zzH} = blkdiag(Z1, . . . ,ZL).

The APs sequentially refine the estimate of the users’ signal
vector based on the local CSI using the RLS algorithm given
in Algorithm (1). As stated in Algorithm 1, once per coherence
block, AP l exchanges Γl with AP l + 1 and once per
each uplink sample, i.e., τu times per coherence block, AP
l exchanges its local soft estimate of users’ signal, i.e., ŝl,
with AP l+1 so AP l+1 can refine ŝl and update it to ŝl+1.

By updating the estimate of the users’ signal vector using
the RLS method, the estimate of the users’ signal vector in
the last AP is given as follows:

ŝ = ŝL = (HHZ−1H+
1

p
IK)−1HHZ−1ŷ. (4)

Superscript n in Algorithm 1 is used to differentiate amongst
the different uplink samples. However, for the sake of read-
ability, we remove superscript n from the users’ signal vector
anywhere else in the paper. Finally, in the last AP, users’ signal
estimation error, i.e., e = s−ŝ, covariance matrix is as follows:

ΓL = E{eeH} = (HHZ−1H+
1

p
IK)−1. (5)
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Algorithm 1 RLS algorithm for users’ signal vector estimation
1: Initialize:
2: Γ0 = pIK
3: ŝn0 = 0K×1,∀n ∈ [1 : τu]
4: for l = 1 . . . L do
5: Γl = Γl−1 − Γl−1H

H
l Z

−H/2
l (IN +

Z
−1/2
l HlΓl−1H

H
l Z

−H/2
l )−1Z

−1/2
l HlΓ

H
l−1

6: for n = 1 . . . τu do
7: ŝnl = ŝnl−1 + ΓlH

H
l Z

−H/2
l (ŷn

l − Z
−1/2
l Hlŝ

n
l−1).

8: end for
9: end for

Note that ŝl is the LS estimate of users’ signal having the
received signal vector and CSI from AP 1 to AP l.

we assume perfect CSI in this paper, which is realistic
with a large enough transmit power per user during pilot
transmission and in an indoor or semi-static environment
where the coherence block is large enough to accommodate a
unique pilot per user [28]. However, in the simulation section,
we provide a subsection on the imperfect CSI.

The authors in [8]–[10] assume an unlimited memory ca-
pacity in each AP. However, under the realistic assumption
of limited memory capacity in each AP, two questions arise:
how to optimally compress and store received signal vector
in memory and what is the effect of this compression on the
average per-user SE?

B. Limited memory capacity at the APs

In a sequential daisy chain fronthaul, each AP stores its
raw/pre-processed received signal vector until it receives the
estimate of the users’ signal vector from the previous AP in
the sequence. Then, it refines the estimate of the users’ signal
vector by co-processing it with their own local received signal
vector, as shown in the line 7 of Algorithm 1. To make the
problem more tangible, consider a CFmMIMO network with
a daisy chain fronthaul topology. There are Nsc subcarriers
for each OFDM (orthogonal frequency-division multiplexing)
symbol. Suppose that Yt0

l ∈ CN×Nsc is a symbol matrix with
each column corresponding to the received signal vector at
AP l for a particular subcarrier of symbol t0. When AP 1 is
processing Yt0

1 , the rest of the APs have their corresponding
matrices, i.e., Yt0

l ,∀l ∈ {2, . . . , L} in their memory. Similarly,
when AP 2 is processing Yt0−1

2 , the corresponding matrix at
AP l, i.e., Yt0−1

l ,∀l ∈ {3, . . . , L}, is stored at the memory.
Accordingly, the number of the symbol matrix stored at AP l
is l − 1, meaning that the number of received signal vectors
stored at AP l is (l − 1)Nsc, which increases linearly from
one AP to the next by Nsc. Fig. 2 demonstrates the sequential
processing and storage at the APs. It is worth mentioning that
processors are designed to process at least one symbol during
a symbol duration to have a stable system. In other words, the
rate of the locally received signal vectors entering the memory
should be lower or, in the worst case, the same as the rate at
which the processor is processing them. Therefore, the number
of vectors stored in the AP’s memory increases by Nsc from
one AP to the next.

symbol

AP 1

AP 2

AP 3

Sent to the next AP Being processedStored

Fig. 2. Sequential processing and storage in a CFmMIMO network with daisy
chain fronthaul topology

The memory used to store the received signal vectors is usu-
ally a fast on-chip cache memory [29], close to the processing
unit1. For an example of an AP processor implementation, the
reader is referred to [30].

III. LOCAL RECEIVED SIGNAL VECTOR COMPRESSION AT
THE APS

In this section, we consider three options for storing the
local received signal vectors:

1) Vector-wise compression of the received signal vector,
i.e., joint compression of the received signal vector
elements.

2) Element-wise compression of the received signal vector.
3) Element-wise compression of PCA pre-processed re-

ceived signal vector.

To model the compression of the received signal vector
at each AP, we use rate-distortion theory [31]. Based on
rate-distortion theory, the rate-distortion function of a random
variable gives the minimum number of bits needed to com-
press realizations of the random variable given a distortion
constraint. The rate-distortion theory can also be extended to
a random vector and covariance distortion constraint [32]. If
there are d sources, each generating a unique element of the
circularly symmetric complex Gaussian random vector x with
dimension d, the extension to the rate-distortion function of
vector x is given as below:

R(Q) = min
f(x̂|x),E{(x−x̂)(x−x̂)H}⪯Q

I(x; x̂), (6)

where x̂ is the compressed version of x, f(x̂|x) is the condi-
tional probability distribution function (PDF) of vector x̂, Q is
the compression noise covariance matrix (target distortion) and
R(Q) is the rate-distortion function. The mutual information

1Note that local CSI is also stored in the memory, next to the received
signal vectors. However, the size of the local CSI that needs to be stored in
the memory is the same in all APs, and hence, we only focus on storing the
received signal vector in this paper.
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between the vector and its compressed version, i.e., I(x; x̂)
can be lower bounded as follows:

I(x; x̂) = H(x̂)−H(x̂|x)
(a)
= H(x̂)−H(x̂− x|x)
(b)
≥ H(x̂)−H(x̂− x)

(c)
≥ H(x̂)−H(CN (0,E{(x̂− x)(x̂− x)H})
= H(x̂)− log2(πe)

d det(Q).

(7)

Note that in this paper, for the vector-wise compression, we
have d = N , and for the element-wise compression, we

have d = 1. In (7), equality
(a)
= holds because −x is a pure

translation in H(x̂− x|x) and entropy is translation invariant

[33]. Inequality
(b)
≥ comes from the fact that conditioning

reduces entropy. Inequality
(c)
≥ results from the maximum

differential entropy, which states that given a variance, the
Gaussian distribution will maximize the entropy, which can
be generalized to a multivariate Gaussian distribution [31]. To
represent the relation between vector x and its compressed
version, i.e., vector x̂, the concept of test channel is used.

The test channel that achieves the lower bound
(c)
≥ in (7) is as

follows [21], [34]:
x̂ = x+ q, (8)

where compression noise q ∼ CN (0,Q) is independent of
x. For the rest of the paper, we use the aforementioned test
channel in (8) due to mathematical simplicity. However, it is
worth mentioning that the optimal test channel to lower bound
the mutual information in (7) is as follows:

x = x̂+ q, (9)

where q and x̂ are independent and q ∼ CN (0,Q). The test
channel in (9) results in a smaller value for I(x; x̂) which
means that for a given number of bits, it results in a smaller
compression noise power compared to the test channel in (8).
However, using the optimal test channel in (9), the solutions
to the maximization problems in the following sections are not
mathematically straightforward. Hence, the test channel in (8)
is used in this paper. In what follows, we show that, besides
simplicity, the test channel in (8) is close in performance to
the optimal test channel in (9) for the number of compression
bits that we consider in this paper. For clarity and illustrative
purposes, consider the following example. Suppose that we
have a complex circularly symmetric Gaussian random vari-
able r ∼ CN (0, pr)

2. In this example and without loss of
generality, we assume pr = 1. By compressing the random
variable using test channel in (8), I(r; r̂) is given as:

I(r; r̂) = log2(
1

Q
+ 1). (10)

2To make the comparison between the two test channels in (8) and (9)
simple, we considered compressing a complex circularly symmetric Gaussian
scalar random variable.

With the optimal test channel in (9), I(r; r̂) is given as:

I(r; r̂) = log2(
1

Q
), (11)

where Q is the compression noise variance. In Fig. 3, we plot
and compare the mutual information functions in (10) and (11)
(corresponding to the number of compression bits) versus the
compression noise power for the two test channels in (8) and
(9). It is clear that the lower the number of bits, the higher the
compression noise power. The optimal test channel in (9) has a
compression noise power that is bounded by the signal power,
here pr, and in case 0 bits are allocated to compress r, the
compression noise is, in fact, the signal itself. The test channel
in (8) performs worse for a very low number of bits (< 2 bit
per signal), where Q > 0.33. In our simulations, however,
we usually allocate more than 2 bits per signal. Hence, we
are usually working in the part of the curve where both test
channels have very similar performance, i.e., to the left of the
dashed line in Fig. 3.

Therefore, using the test channel in (8) not only gives
tractable solutions to the problems maximizing the upper
bound on users’ sum-SE, but also the simulation results can
be generalized to the practical implementations.

0 0.2 0.4 0.6 0.8 1

0.5

1

2

3

4

5

6

Q

I
(r
;r̂
)

I(r, r̂) in (11)
I(r, r̂) in (10)

Fig. 3. Mutual information of r and r̂ using two test channels in (8) and (9)

A. Option 1: Vector-wise compression of the received signal
vector

In this option, each AP compresses its received signal vector
vector-wisely. Following the rate-distortion argument at the
beginning of this section, for AP l, we replace x with yl, and
then the compressed vector is represented as ŷvl. Using the
test channel in (8), the relation between yl and its compressed
version ŷvl is given as follows:

ŷvl = yl + qvl = Hls+ nl + qvl, (12)

where yl is defined in (1), zvl = nl + qvl and qvl ∼
CN (0,Qvl) represents the compression noise introduced by
the joint compression of the vector elements.

Loosely speaking, the differential entropy of a random
variable such as ŷvl measures the uncertainty of the random
variable and the number of bits required to represent it. The
mutual information between yl and ŷvl shows how much of
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the uncertainty of one of them is reduced due to knowledge of
the other one. Hence, the mutual information can also measure
how many bits are required to represent ŷvl when yl is known
[31]. The relation between the number of compression bits per
received signal vector, i.e., Csc, and the compression noise
covariance matrix Qvl at AP l, conditioned on the local CSI
is as follows [31]:

Csc = I(yl; ŷvl|Hl)

= H(ŷvl|Hl)−H(ŷvl|yl,Hl)

= log2 det(Q
−1
vl (pHlH

H
l + σ2IN ) + IN ),

(13)

where the vectors {ŷvl|Hl} and {ŷvl|yl,Hl} are multi-variate
circularly symmetric Gaussian random vectors, as s, nl and
qvl are independent multi-variate circularly symmetric Gaus-
sian random vectors. The network-wide compressed received
signal vector is as follows:

ŷv = y + qv = Hs+ n+ qv︸ ︷︷ ︸
zv

,
(14)

where ŷv =
[
ŷT
v1, . . . , ŷT

vL

]T
, qv =

[
qT
v1, . . . , qT

vL

]T
,

and zv =
[
zT
v1, . . . , zT

vL

]T
is the receiver plus com-

pression noise vector with covariance matrix defined as
Zv = E{zvzH

v } = blkdiag(Zv1, . . . ,ZvL) = blkdiag(Qv1 +
σ2IN , . . . ,QvL +σ2IN ). Following the discussion in Section
II-A, the LS estimate of the users’ signal vector in the last AP
can be formulated as follows:

ŝv = Cvŷv, (15)

where the combining matrix Cv ∈ CK×N given H is
formulated as follows:

Cv = (HHZ−1
v H+

1

p
IK)−1HHZ−1

v . (16)

Having an estimate of the users’ signal vector as in (15), the
sum-SE of users is formulated as follows:

Rv =
τu
τc

I(ŝv; s)

=
τu
τc

(
H(s)−H(s|ŝv)

)
(a)
=

τu
τc

log2 det(pHHHZ−1
v + INL)

(b)
≤ τu

τc
log2

L∏
l=1

det(pHlH
H
l Z

−1
vl + IN )

=
τu
τc

L∑
l=1

log2 det(pHlH
H
l Z

−1
vl + IN )

=
τu
τc

L∑
l=1

log2 det(pHlH
H
l (Qvl + σ2IN )−1 + IN ),

(17)

where Rv can be achieved if sequential interference cancella-
tion (SIC) is used to estimate/detect users’ signal in the last

AP [35]. 3. Furthermore,
(a)
= and

(b)
≤ are proved in Appendix

A. The upper bound in equation (17) is for the instantaneous

3Sum-SE of the users when the users are detected jointly is more than
the case in which the users are detected individually (i.e.,

∑
k I(ŝk; sk) ≤

I(ŝ; s) [31])

sum-SE in a particular coherence block. It is the summation
of L functions, each dependent only on the compression noise
covariance matrix and local channel matrix of a single AP. Ad-
ditionally, each AP compresses its local received signal vector
in isolation from other APs. Therefore, the maximization of
the upper bound function can be decomposed into L smaller
optimization problems to be solved in L APs. Therefore, the
maximization sub-problem at AP l is defined as follows:

arg max
Q−1

vl ⪰0
log2 det(pHlH

H
l (Qvl + σ2IN )−1 + IN )

= log2 det(pHlH
H
l +Qvl + σ2IN )−

log2 det(Qvl + σ2IN )

= log2 det(Q
−1
vl (pHlH

H
l + σ2IN ) + IN )−

log2 det(σ
2Q−1

vl + IN )

s.t. Csc = log2 det(Q
−1
vl (pHlH

H
l + σ2IN ) + IN ).

(18)
The problem defined in (18) is an NLP (non-linear program-
ming) problem. The constraint does not define a convex set, so
the problem is not convex. However, the closed-form globally
optimal matrix is derived in (21).

To present the optimal solution, we need the singular value
decomposition (SVD) of matrix Hl, which is formulated as
follows:

Hl = UlΣlV
H
l . (19)

Accordingly, the eigenvalue decomposition of matrix HlH
H
l

is as follows:
HlH

H
l = UlΣlΣ

H
l U

H
l . (20)

The columns of matrices Ul ∈ CN×N and Vl ∈ CK×K are
the left and right singular vectors of Hl, respectively, and so
the columns of Ul are also the eigenvectors of matrix HlH

H
l .

Furthermore, Σl ∈ CN×K is a rectangular matrix with the
sorted singular values of the Hl on its diagonal elements. The
optimal matrix Q−1

vl is given as:

(Q−1
vl )

o
= Ul(Σ

−1
vlq)

o
UH

l , (21)

where the ith diagonal element of (Σ−1
vlq)

o
is calculated as:

λo
vlqi = max(0,

1

µo
vl

(
1

σ2
− 1

pλ2
li + σ2

)− 1

σ2
),∀i. (22)

where λli is the ith singular value of Hl. The solution in (22)
is reverse water filling on the eigenvalues of received signal
vector covariance matrix [31]. The proof is elaborated on in
Appendix B.

Note that the Lagrange multiplier µo
vl is selected to meet

the equality constraint in (18).

B. Option 2: Element-wise compression of the received signal
vector

Each element of the received signal vector is compressed
individually in this option. The number of bits allocated to
compression of the ith element is denoted by bi and Csc =∑N

i=1 bi. The compressed ith element of the received signal
vector at AP l is as follows:

ŷeli = yli + qeli = Hl[i,:]s+ nli + qeli, (23)
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where nli is the ith element of noise vector nl, zeli =
nli + qeli with qeli ∼ CN (0, σ2

eli),∀i ∈ {1, . . . , N} and
qel =

[
qel1, · · · , qelN

]T
is the compression noise vector

with covariance matrix Qel = E{qelq
H
el}. Vector ŷel =[

ŷel1, . . . , ŷelN
]T

is the compressed received signal vec-
tor at AP l. The receiver plus compression noise vector is
zel =

[
zel1, · · · , zelN

]T
.

The relation between bi and the compression noise of the
ith element is as follows [31]:

bi = I(yli; ŷeli|Hl[i,:]) =H(ŷeli|Hl[i,:])−H(ŷeli|yli,Hl[i,:])

= log2(1 +
p∥Hl[i,:]∥2 + σ2

σ2
eli

),

(24)
where subscript [i, :] represent the ith row of Hl. The diagonal
elements of the covariance matrix Qel are known and equal
to σ2

eli,∀i ∈ {1, . . . , N}. The off-diagonal elements of matrix
Qel are unknown.

We define diagonal matrix Pl with the variance of the
elements of the received signal vector {yl|Hl} as its diagonal
elements,

Pl = diag
(
p∥Hl[1,:]∥2 + σ2, · · · , p∥Hl[N,:]∥2 + σ2

)
, (25)

and the diagonal matrix Qd
el with variance of the elements of

the compression noise vector qel as its diagonal elements, as
follows:

Qd
el = diag

(
σ2
el1, . . . , σ

2
elN

)
. (26)

We can relate Csc to the variance of the compression noise
vector elements as follows:

Csc =

N∑
i=1

bi = log2

N∏
i=1

(1 +
p∥Hl[i,:]∥2 + σ2

σ2
eli

)

= log2 det(IN +PlQ
d
el

−1
).

(27)

The values for bi,∀i (and consequently σ2
eli) can be selected

heuristically. One simple approach is compressing the vector
elements with the same number of bits. A better approach is
to select the number of bits based on the variance of each
element of the received signal vector.

The APs refine the users’ signal vector based on the
element-wise compressed received signal vector. The network-
wide compressed received signal vector, in this case, is as
follows:

ŷe = y + qe = Hs+ n+ qe︸ ︷︷ ︸
ze

,
(28)

where ŷe =
[
ŷT
e1, . . . , ŷT

eL

]T
, qe =

[
qT
e1, . . . , qT

eL

]T

and ze =
[
zT
e1, . . . , zT

eL

]T
with covariance matrix

Ze = E{zezH
e } = blkdiag(Ze1, . . . ,ZeL) = blkdiag(Qe1 +

σ2IN , . . . ,QeL + σ2IN ). In element-wise compression, the
correlation between compression noise elements in one AP,
i.e., the off-diagonal elements of Qel,∀l, are unknown. There-
fore, while computing the combining matrix to estimate users’
signal vector, Qel,∀l is assumed to be a diagonal matrix,
which adversely affects the estimation quality. Following the
discussion in Section II-A, the estimation of the users’ signal
vector results in equations (29) and (30), as follows:

ŝe = Ceŷe, (29)

where the combining matrix Ce is formulated as follows:

Ce = (HH(Zd
e)

−1
H+

1

p
IK)−1HH(Zd

e)
−1

, (30)

where Zd
e = blkdiag(Zd

e1, . . . ,Z
d
eL) = blkdiag(Qd

e1 +
σ2IN , . . . ,Qd

eL + σ2IN ) and Qd
el is the diagonal matrix with

the same diagonal elements as Qel. The solution to the
optimization problem in option 2 follows the same steps in
section III-A and Appendix B. However, deriving an upper
bound on users’ sum-SE similar to (17) is not straightforward
due to the lack of knowledge of the off-diagonal elements of
Ze and thus can be simplified as follows:

Re =
τu
τc

log2 det(pHHH(Zd
e)

−1
+ INL)

(a)
≤ τu

τc

L∑
l=1

log2 det(pHlH
H
l (Z

d
el)

−1
+ IN )

(b)
≤ τu

τc

L∑
l=1

log2 det(pdiag(HlH
H
l )(Z

d
el)

−1 + IN )

=
τu
τc

L∑
l=1

log2 det(pWl(Q
d
el + σ2IN )−1 + IN ),

(31)

where Wl is defined as Wl =

diag(∥Hl[1,:]∥2, . . . , ∥Hl[N,:]∥2). In (31), the upper bounds
(a)
≤

and
(b)
≤ are proved similar to

(b)
≤ in (17).

Similar to Section III-A, the sub-problem at AP l to find
the diagonal element of Qd

el and, subsequently, the number of
bits to compress each of the elements of the received signal
vector yl is formulated as follows:

arg max
Qd

el
−1⪰0

log2 det(pWl(Q
d
el + σ2IN )−1 + IN )

= log2 det(pWl +Qd
el + σ2IN )−

log2 det(Q
d
el + σ2IN )

= log2 det(PlQ
d
el

−1
+ IN )−

log2 det(σ
2Qd

el

−1
+ IN )

s.t. Csc = log2 det(PlQ
d
el

−1
+ IN ),

(32)

With Pl defined in (25). Note that Pl = pWl + σ2IN .
Following the same steps as in Appendix B, the ith diagonal
element of matrix (Qd

el

−1
)
o
, shown as λo

elqi, is given as
follows:

λo
elqi = max(0,

1

µo
el

(
1

σ2
− 1

Pl[i,i]

)− 1

σ2
),∀i, (33)

where Pl[i,i] denotes the ith diagonal element of Pl. Finally,
(Qd

el

−1
)
o
= diag(λo

elq1, . . . , λ
o
elqN ). The parameter µo

el in (33)
is also calculated similarly to µo

vl in Section III-A.

C. Option 3: Element-wise compression of the PCA-pre-
processed received signal vector

Despite being efficient in bit usage, vector compression
can be costly in practice. For example, using well-known
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quantization algorithms such as the generalized Lloyd algo-
rithm to quantize a given set of N -dimensional vectors with
nq bits have a complexity order of O(number of vectors ×
N × 2nq × I) if the algorithm stops after I iterations. On
the other hand, element-wise quantization (sharing the total
number of bits among the dimensions and then quantizing
each dimension individually) is of lower complexity, i.e.,
O(number of vectors × 2nqδi × I) for quantizing dimension
i and

∑N
j=1 δj = 1, at the cost of inefficient bit usage. To

bridge this gap, it is proposed to de-correlate the vectors’
dimensions before element-wise quantization to use the total
bits efficiently. With the above introduction in mind, suppose
each AP uses PCA to map its local received signal vector
into another subspace. At AP l, the covariance matrix of the
received signal vector, using the SVD of Hl in (19), can be
formulated as follows:

Ryl = E{(yl − E{yl})(yl − E{yl})H|Hl}
(a)
= E{yly

H
l |Hl} = Ul (pΣlΣ

H
l + σ2IN )︸ ︷︷ ︸
Σ̃l

UH
l ,

(34)

where
(a)
= is due to the fact that E{yl|Hl} = 0 (as E{s} = 0

and E{nl} = 0 ). The mapped received signal vector is as
follows:

ỹl = AH
l yl = AH

l Hl︸ ︷︷ ︸
H̃l

s+AH
l nl︸ ︷︷ ︸
ñl

,
(35)

where Al = Ul[:,1:x], in which x can be in the range
[1 : min(N,K)]. We select x = min(N,K). Note that H̃l

and ñl are the local effective channel and receiver noise at
AP l, respectively. After the mapping, the APs must store the
pre-processed received signal vector. The vector {ỹl|H̃l} is a
circularly symmetric Gaussian random vector with zero mean
and uncorrelated elements (with diagonal covariance matrix
E{ỹlỹ

H
l |H̃l} = Σ̃l), hence the elements are also mutually

independent as any two jointly Gaussian and uncorrelated
random variables are independent as well. The compressed
pre-processed received signal vector at AP l is as follows:

ˆ̃yel = ỹl + q̃el = H̃ls+ ñl + q̃el, (36)

where z̃el = ñl + q̃el and q̃el ∼ CN (0, Q̃el). Note that Q̃el

is assumed to be diagonal as the elements of the {ỹl|H̃l}
are independent. Hence, they can be optimally compressed
individually, conditioned on the optimal allocation of a total
number of bits. Matrix Q̃el can be related to Csc as follows:

Csc =I(ỹl; ˆ̃yel|H̃l)

=Hl(ˆ̃yel|H̃l)−Hl(ˆ̃yel|ỹl, H̃l)

= log2 det(Q̃
−1
el (pH̃lH̃

H
l + σ2Ix) + Ix)

=

x∑
i=1

log2(λ̃elqi(pλ
2
il + σ2) + 1),

(37)

where λ̃elqi is the ith diagonal element of Q̃−1
el . After pre-

processing and compressing the local received signal vector,
the network-wide compressed received signal vector is as
follows:

ˆ̃ye = ỹ + q̃e = H̃s+ ñ+ q̃e︸ ︷︷ ︸
z̃e

,
(38)

where ˆ̃ye =
[
ˆ̃yT
e1, . . . , ˆ̃yT

eL

]T
, ỹ =

[
ỹT
1 , . . . , ỹT

L

]T
,

H̃ =
[
H̃T

1, . . . , H̃T
L

]T
. Furthermore, q̃e =[

q̃T
e1, . . . , q̃T

eL

]T
and z̃e =

[
z̃T
e1, . . . , z̃T

eL

]T
with

covariance matrix Z̃e = E{z̃ez̃H
e } = blkdiag(Z̃e1, . . . , Z̃eL) =

blkdiag(Q̃e1 + σ2Ix, . . . , Q̃eL + σ2Ix). Finally, after RLS
processing of the compressed PCA pre-processed signal
vectors at the APs sequentially, the estimate of users’ signal
vector in the last AP is as follows:

ˆ̃s = C̃e
ˆ̃ye, (39)

where the combining matrix given H̃ is formulated as follows:

C̃e = (H̃HZ̃−1
e H̃+

1

p
IxL)

−1H̃HZ̃−1
e . (40)

By defining the signal estimation error as ẽ = s− ˆ̃s, and with
the same reasoning as subsection III-A the users’ sum-SE is
given as:

RPCA
e =

τu
τc

I(s; ˆ̃s)

=
τu
τc

(
H(s)−H(s|ˆ̃s)

)
(a)
=

τu
τc

log2 det(pH̃H̃HZ̃−1
e + IxL)

(b)
≤ τu

τc

L∑
l=1

log2 det(pH̃lH̃
H
l Z̃

−1
el + Ix),

(41)

where
(a)
= and

(b)
≤ are proved similarly to

(a)
= and

(b)
≤ in (17),

respectively. The upper bound function defined in (41) is a
summation of L functions, each dependent on a unique matrix
Z̃el and effective channel H̃l. The maximization sub-problem
at AP l is formulated as:

arg max
Q̃−1

el ⪰0
log2 det(pH̃lH̃

H
l Z̃

−1
el + Ix)

= log2 det(Q̃
−1
el (pH̃lH̃

H
l + σ2Ix) + Ix)−

log2 det(σ
2Q̃−1

el + Ix)

=

x∑
i=1

log2(λ̃elqi(pλ
2
il + σ2) + 1)−

x∑
i=1

log2(λ̃elqiσ
2 + 1)

s.t. Csc =

x∑
i=1

log2(λ̃elqi(pλ
2
il + σ2) + 1).

(42)
Based on the discussion at the beginning of this section, we
know that Q̃el,∀l is a diagonal matrix. The optimization prob-
lem follows the similar steps as Appendix B. Matrix (Q̃−1

el )
o

with the ith diagonal element defined in (43) maximizes the
objective function in (42).

λ̃o
elqi = max(0,

1

µ̃o
el

(
1

σ2
− 1

pλ2
li + σ2

)− 1

σ2
),∀i. (43)

Finally, matrix (Q̃−1
el )

o
= diag(λ̃o

elq1, . . . , λ̃
o
elqx). The param-

eter µ̃o
el in (43) is also calculated similarly to µo

vl in Section
III-A.
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IV. MEMORY CAPACITY ALLOCATION MODELS AND THEIR
IMPACT ON THE RATE ON THE FRONTHAUL LINKS

The simulation section considers two specific fronthaul
topologies, a daisy chain topology, and a multi-branch tree
topology, as shown in Fig. 1. The following discussion is based
on the daisy chain topology and can be easily extended to the
tree topology.

A. Memory capacity allocation models

Regarding the memory capacity at the APs, we consider
two reference scenarios. In the following, we assume a fixed
number of antennas are distributed among the APs.

• Fixed per AP (FAP) memory capacity: Regardless of
the number of antennas per AP, APs have the same
processing chips and consequently the same processing
power and fixed memory capacity CAP . Therefore, the
total memory capacity depends on the number of APs,
i.e., CT = LCAP .

• Fixed Total (FT) memory capacity: There is a fixed
total memory capacity CT that is divided between APs.
This total memory capacity can be allocated to APs in
two ways:

– Equal Allocation (EA): In this memory model, the
total memory capacity is split equally among APs,
so CAP = CT

L .
– Linear Allocation (LA): The memory capacity is

distributed according to the number of signal vectors
stored in the APs. Therefore, the first APs in the
sequence receive less memory capacity, and as we
move along the sequence, the APs receive a larger
share of the total memory capacity. Based on the
discussion in Section II , the total number of the re-
ceived signal vectors, i.e., Nv , in the whole network,
is as follows:

Nrsv = Nsc+2Nsc+. . .+(L−1)Nsc =
L(L− 1)Nsc

2
.

(44)
In the case of FAP and FT-EA, the number of bits allocated

to each received signal vector in AP l is as follows:

Csc =
CAP

(l − 1)Nsc
. (45)

Furthermore, the number of bits allocated to each received
signal vector in FT-LA is as follows:

Csc =
CT

Nrsv
=

2CT

L(L− 1)Nsc
. (46)

In reality, local CSI should also be stored in the local memory,
which makes efficient memory usage more critical. However,
as the amount of data related to CSI is similar in each AP, we
ignore the low precision storage of the local CSI.

B. The rate of the fronthaul links

Compression in a CFmMIMO network can also happen in
the fronthaul link connecting two APs, which occurs when the
fronthaul capacity is the limiting factor. In what follows, we
compute the data rate of the links connecting two subsequent

APs using the memory model introduced earlier in this section.
Each AP needs to send K scalars to the next AP in RLS, as
explained in Algorithm 1. To compute the estimated signal for
a reference user, we need to multiply a combining vector with
ρ bits per element with a received signal vector with γi bits
for element i. To measure the rate of the fronthaul links, it is
worth knowing that:

• The number of bits to represent the multiplication product
of an ρ−bit multiplicand and an γi−bit multiplier (and
ignoring the sign bit) is at most ρ+ γi bits [36].

• Furthermore, the number of bits to represent the summa-
tion of an (ρ + γi)−bit summand and an (ρ + γj)−bit
summand can not exceed max(ρ+ γi, ρ+ γj) + 1 [36]4.

Hence, the number of bits to represent each user’s signal
estimate, which is the result of N multiplications and then
N summations (inner product of the combining vector with
the compressed received signal vector), is at most as follows5:

α = max
i

(ρ+ γi) + 1, (47)

Scaling with the number of subcarriers and users, the rate of
the fronthaul link connecting AP l to AP l + 1 is as follows:

Cfl =
KNscα

Ts
=

KNsc(maxi(ρ+ γi) + 1)

Ts

(a)
≤ KNsc(ρ+ Csc)

Ts
,

(48)

where Ts is OFDM symbol duration in second. Note that Csc

in FAP and FT-EA depends on the AP index, as seen in (45).
Therefore, in these scenarios, the upper bound on the rate of
the fronthaul link in (48) depends on the AP index, which is
higher for the APs at the beginning of the sequence. However,
the upper bound on the rate of the fronthaul link is the same
between any two APs and independent of the AP index when
FT-LA is used.

It is worth mentioning that exchanging the CSI-related
matrix, e.g., Γl in Algorithm 1 from AP l to the next AP, also
contributes to the rate of the fronthaul link. However, this
exchange only happens once in one coherence block and is
assumed to be scenario and AP index independent. Therefore,
it is neglected in the (48). Note that in case a multi-branch
tree topology is used for the fronthaul, then the Csc depends
on the level that a particular AP such as AP l resides, e.g., in
(45) and also on the depth of the tree (total number of levels),
e.g., in (46).

In conclusion, the rate of each fronthaul link scales with
Csc. Therefore, optimizing memory size to minimize the
memory cost in the APs positively impacts the rate of the
fronthaul links.

V. SIMULATION RESULTS

This section presents simulation results, which give insight
into how the limited memory capacity in each AP affects the

4We consider only the fixed point arithmetic in this section, due to its
simplicity and practicality.

5The upper bound in (47) is for the case of adding the numbers sequentially
from the smallest number to the largest.
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TABLE II
ABBREVIATIONS

Parameter Description Abbreviation

Vector-wise Compression VC
Element-wise compression EC

Fixed memory capacity per AP FAP
Fixed total memory capacity FT

Equal allocation EA

Linear allocation LA

average per-user SE. The average per-user SE i.e., Ru
sub is

calculated as follows:

Ru
sub = EH{Rsub}/K, (49)

where sub ∈ {v, e, ePCA} indicates one of the three local
compression options and Rsub ∈ {Rv, Re, RePCA} is the
sum-SE of the users corresponding to one of the three options
which are defined in sectionIII. The expectation in 49 is on the
different realization of channel matrix H. The simulation area
is square with a perimeter of D = 500m [8]. The total number
of antennas is M = 128 (unless otherwise stated) which are
distributed in L = {2, 4, 8, 16, 32, 64, 128} APs. The APs are
distributed around the area in a daisy chain or a multi-branch
tree with at most two branches per node. The path loss
model of an urban microcell with 2GHz carrier frequency is
considered [8],[37].

βkl = −30.5− 36.7 log10(
dkl
1m

), (50)

where dkl is the distance (in meters) between user k and AP l.
The communication bandwidth is B = 100MHz and an FFT
size of Nsc = 4096 [38]. Noise variance is σ2 = −85dBm. In
addition, the transmitted power of the users is p = 10mWatt.
Table II summarizes a list of abbreviations introduced before
and used in this section.

A. Optimal number of APs in the presence of limited memory

In Fig. 4, the average per-user SE6 versus the number of APs
is plotted. Two scenarios of memory capacity allocation are
considered. Furthermore, the sub-figures are associated with
different numbers of users. It is worth mentioning that FAP
and FT-EA with the selected CAP and CT represent the same
scenario in the case of the full distribution of antennas. We
also considered infinite memory size (no compression) as a
benchmark. It is observed that:

• Having memory constraints always limits the perfor-
mance of distributed antenna systems with sequential
processing. While the average per-user SE improves when
distributing the fixed number of antennas over multiple
APs with infinite memory, this is no longer true when
there are memory constraints.

• When limiting the memory capacity so that all APs have
the same memory constraint, the performance is domi-
nated by the memory requirements of the last AP. In all

6Note that for simulation results, as 1) we don’t consider any specific values
for τu and τc and 2) the factor τu

τc
appears sum-SE of all the compression

options, we neglect it in plotting the figures. Also, the average per-user SE is
the average users’ sum-SE divided by the number of users.
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Fig. 4. Impact of limited memory capacity on average per-user SE in a daisy
chain fronthaul with two different numbers of users: (Top) K = 4, (Bottom)
K = 64. VC is used for compression.

sub-figures in Fig. 4, the FAP model with CAP = 64KB
performs the same as the FT-LA with CT = 8MB when
L = 128. However, when the number of AP is halved,
i.e., L = 64, the increase in the average per-user SE is
about 20% in FT-EA and 6% in FAP, e.g., in the case of
K = 4. This is because, in FT-EA, when the number of
APs is halved, the allocated memory to each AP gets
doubled as the same total memory is now distributed
among 64 instead of 128 APs. While in FAP, the memory
per AP remains the same in the case of L = 64 or
L = 128.

• When comparing the different results in Fig. 4, it is
clear that the impact of compression is much more severe
when the number of users K is higher, as with increasing
users, the entropy of the local received signal vector in
each AP increases, which demands more bits to keep
a certain distortion level. This is especially visible for
the scenario of FAP, and the performance degradation is
already visible for a low number of APs in the sequence.
Even without severe memory requirements for sequen-
tial processing, limited AP memory degrades multiuser
performance. Thus, when the number of users increases
and the memory capacity is limited, it pays off to have
collocated antennas.

• Figs. 5 testify to the aforementioned claim. It is observed
that for a fixed number of APs L, the performance
degradation of limited memory capacity cases compared
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to the infinite memory case gets more severe when the
number of users increases.
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Fig. 5. Average per-user SE with (Top) varying the value of CAP in FAP
memory model and (Bottom) varying the value of CT in FT memory model.
The number of AP is fixed to L = 32. The compression option for all plots
is VC.

• Furthermore, in Fig. 6, we plotted the average per-user
SE for the case of M = 256 and compared it with the
case of M = 128 when the FT-EA memory model with
CT = 32MB is used. By increasing the total number of
antennas from M = 128 to M = 256, we observe that the
performance degradation compared to infinite memory
gets worse. For the case of K = 64, the optimal number
of APs decreases. This is because for a fixed number of
APs, with an increasing total number of antennas M , we
are increasing the number of antennas per AP (N ), and
hence, a higher dimensional received signal vector needs
to be stored in each AP.

B. PCA-pre-processing before element-wise compression

In Fig. 7, the average per-user SE under three compression
options and a FAP memory capacity scenario with an increas-
ing number of users over sub-figures is studied. It is observed
that:

• When the number of users is K = 4 and CAP = 64KB,
the performance improvement of VC compared to EC
is around 1.2 bit/sec/Hz - at the optimal number of AP
L = 8.

• In the two sub-figures, Element-wise compression of the
PCA pre-processed vector results in the same perfor-
mance as vector-wise compression of the received sig-
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Fig. 6. Average per-user SE when having a different total number of antennas,
i.e., M = 128 and M = 256 and a different number of users: (Top) K = 4
and (Bottom) K = 64. In all plots, the memory model is FT-EA with CT =
32MB. The compression option for all plots is VC.

nal vector. This is because pre-processing the circularly
symmetric Gaussian received signal vector with PCA de-
correlates the elements of the vector, and for a circularly
symmetric Gaussian vector, the de-correlation of the
elements means their independence from each other. Our
analysis shows that only in some particular scenarios,
such as strict memory constraints and a low number of
users, vector-wise compression improves over element-
wise compression. Moreover, by pre-processing the data,
there is no motivation for vector-wise compression.

C. Impact of imperfect CSI

Throughout the whole paper, we assumed perfect CSI for
the mathematical tractibility. Specifically, assuming imperfect
CSI in the presence of correlated Rayleigh fading, the transfor-
mations in problem (18) do not hold. However, we considered
the uncorrelated Rayleigh fading scenario to show that the
paper’s conclusion also holds for imperfect CSI cases (due
to pilot contamination, for example). We assumed that the
pilot signal length is τp < K. Then, the channel is estimated
in the presence of pilot contamination, and the matrix H is
replaced by its estimate. The impact of channel estimation
error is reflected by adding the channel estimation error noise
to σ2. The simulation results in Fig. 8 validate the earlier
discussion on the limited memory effects on optimal fronthaul
architecture.
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Fig. 7. Average per-user SE in a daisy chain fronthaul with three compression
options and two different numbers of users: (Top) K = 4, (Bottom) K = 64.
FAP memory model is used.
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Fig. 8. Average per-user SE vs number of APs when K = 4, CAP = 64KB.
The channel model is uncorrelated Rayleigh fading, and imperfect CSI is
assumed with pilot signal length to τp = 2 or τp = 1.

D. Equal vs linear allocation of a total memory budget

Intuitively, the memory capacity of the last AP becomes a
bottleneck in the network with sequential topology. Therefore,
it may seem like a solution that the memory capacity of the
AP increases linearly (FT-LA), similar to the number of stored
received signal vectors. Consequently, the APs at the end of the
sequence get a larger share of the total memory. It is observed
from Fig. 9 that FT-LA memory capacity allocation improves
the average per-user SE only slightly around the optimal AP

length where the memory constraint is not yet limiting. For a
larger length of the sequential fronthaul, FT-LA even results
in a lower performance compared to the FT-EA. With FT-LA,
even though the received signal vectors of the APs at the end
of the sequence can be compressed less, the compression noise
power of the stored received signal vectors of the APs at the
beginning of the sequence increases compared to the case of
FT-EA. FT-LA will hence suffer from more noisy user signal
estimation at first APs, upon which the subsequent APs should
build their own estimation. Because of this error propagation
in the sequence, giving more memory capacity to the last APs
does not pay off. Thus, we conclude EA is highly preferred
for longer sequences.
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Fig. 9. Average per-user SE comparison between FT-EA and FT-LA memory
model in a daisy chain fronthaul with two different numbers of users: (Top)
K = 4, (Bottom) K = 64. VC is used for compression.

E. An alternative fronthaul topology to daisy chain topology:
multi-branch tree topology

Finally, in Fig. 10, a multi-branch tree topology is compared
with the daisy chain fronthaul topology. As in a multi-branch
tree, the depth of the tree is less than in the case of the daisy
chain topology (the depth of a daisy chain with L = 128 is 128
while the depth of a multi-branch tree with L = 128 and APs
arranged as shown in Fig. 1 is 8 which is 16 times smaller.), we
first consider a smaller total memory size, i.e., CT = 512KB
(almost 16 times smaller than CT = 8MB). As shown in
Fig. 10, for K = 4, using a multi-branch tree topology with
CT = 512KB have comparable peak performance to the daisy
chain topology with CT = 8MB, e.g., for K = 4, daisy chain
with CT = 8MB has its peak performance of 7.8 bit/sec/Hz
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Fig. 10. Average per-user SE comparison between a daisy chain and multi-
branch tree fronthaul topologies with two different numbers of users: (Top)
K = 4, (Bottom) K = 64. FT-EA memory model is used, and the
compression option is VC.

at L = 32, which is almost the same as peak performance
of multi-branch tree topology with CT = 512KB. Therefore,
multi-branch topology can save around 0.94% memory cost
compared to daisy chain topology. For a higher number of
users, e.g., K = 64, multi-branch tree topology can improve
the average per-user SE performance for around 9% (at L =
128) compared to the peak performance of the daisy chain
topology (at L = 16) when the same memory capacity, i.e.,
CT = 8MB, is used in both topologies. However, assuming
the same total memory, i.e., CT = 8MB, in the multi-branch
tree topology, the average incoming fronthaul rate to the APs
is larger than the daisy chain topology.

VI. CONCLUSIONS

In this paper, we considered the performance scaling with
the number of APs in a CFmMIMO network under a re-
alistic assumption of limited working memory in each AP.
We considered two models for the memory capacity of the
APs, the fixed per AP memory capacity model and the fixed
total memory capacity model, and investigated the impact of
using different memory models at the APs on the rate of the
fronthaul link. Furthermore, the simulation result shows that
the limited memory capacity at the APs limits the optimal
number of APs in the sequence. This is in sharp contrast to the
infinite memory case , which favors the maximal distribution
of the antennas.

We further analyzed multiple compression options and
showed that vector-wise compression, which is joint com-
pression of all the antenna signals per AP, results in larger
average per-user spectral efficiency gains. However, element-
wise compression is used in practice for its simplicity. More
importantly, by simply pre-processing the received signal
vectors at each AP using PCA, element-wise compression
achieves the same performance as rather expensive vector-wise
compression in all considered scenarios.

Furthermore, we analyzed different memory allocation mod-
els. As the delay and number of samples to be stored at the
APs increase linearly, a good option to allocate a total memory
capacity may seem to be the linearly increasing memory
allocation to the APs. However, the simulation results show
that this memory allocation method doesn’t bring much of a
benefit as we allocate less memory capacity to the APs at the
beginning of the sequence. Consequently, we start with a noisy
compression of the received signal vector and a low-quality
local estimate of the users’ signal vector in the first AP, upon
which the rest of the APs build their refined version of the
users’ signal vector estimate.

Finally, we show that when the number of users is relatively
low, i.e., K = 4, using a multi-branch tree topology can save
the memory cost more than 90%, compared to daisy chain
topology, with a similar average per-user SE peak perfor-
mance. When the number of users gets larger, i.e., K = 64,
multi-branch tree topology can improve the average per-user
SE for around 9% compared to the daisy chain fronthaul with
the same total memory, i.e., CT = 8MB, however, at the cost
of increase average incoming fronthaul rate to the APs.
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APPENDIX A

Before proving the equality
(a)
= and inequality

(b)
≤ in (17,

Theorem 1 is provided.
Theorem 1: : For matrices A and B with size n×m and

m× n respectively, the following equality holds:

det(In +AB) = det(Im +BA). (51)

Proof of Theorem 1: Theorem 1 is Sylvester’s determinant
theorem and can be proved easily [39].
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A. proof of
(a)
= in (17)

We know that the vector {ŷv|H} is a circularly symmetric
Gaussian random vector because:

{ŷv|H} = {y|H}+ qv (52)

where {y|H} and qv are two independent circularly sym-
metric Gaussian random vectors and based on the definition
of the circularly symmetric Gaussian random vectors in [28,
Appendix A], their summation is also circularly symmetric
Gaussian random vector. Furthermore, any linear transforma-
tion of a circularly symmetric Gaussian vector results in a
vector that is a circularly symmetric Gaussian vector [28,
Appendix A], which concludes that ŝv = Ĉvŷv , defined in
(15) is a circularly symmetric Gaussian vector. Similarly, the
signal estimation error vector e can also be proved to be
a circularly symmetric Gaussian vector, independent of ŝv .
Therefore,

I(ŝv; s) = H(s)−H(s|ŝv)
= H(s)−H(s− ŝv︸ ︷︷ ︸

e

)

= log2 det(πepIK)− log2 det(πeΓL)

= log2 det(pΓ
−1
L )

= log2 det(pH
HZ−1

v H+ IK).

(53)

where we substitute the ΓL in (53) with its equivalent matrix

as in (5) and used Theorem 1 to conclude the proof of
(a)
= in

(17).

B. Proof of
(b)
≤ in (17)

To prove inequality
(b)
≤ in (17), Theorem 1 is used.

Using Theorem 1:

log2 det(pHHHZ−1
v + INL)

= log2 det(pHHHZ−1/2
v Z−H/2

v + INL)

= log2 det(pZ
−H/2
v HHHZ−1/2

v + INL).

(54)

where Z
−1/2
v = blkdiag(Z−1/2

v1 , . . . ,Z
−1/2
vL ) is the square

root of Z−1
v . Matrix Z

−H/2
v HHHZ

−1/2
v is positive semi-

definite and for positive semi-definite matrices, invoking the
Hadamard’s inequality [40] and subsequently Theorem 1 leads
to :

log2 det(pZ
−H/2
v HHHZ−1/2

v + INL)

≤ log2

L∏
l=1

det(pZ
−H/2
vl HlH

H
l Z

−1/2
vl + IN )

=

L∑
l=1

log2 det(pHlH
H
l Z

−1
vl + IN ).

(55)

APPENDIX B
To prove that the solution derived in (22) is globally optimal,

Theorem 2 is used, which states under which conditions the
proposed solution is optimal. In the following, we first prove
why satisfying the conditions in Theorem 2 makes a solution
optimal. Then, we prove that the solution provided in (22)
satisfies the condition in Theorem 2 and hence, is optimal.

Theorem 2: Consider the problem defined in (18).
(Q−1

vl )
o and µo

vl are optimal and strong duality holds, if and
only if

(Primal feasibility)

Csc = log2 det
(
(Q−1

vl )
o
(pHlH

H
l + σ2IN ) + IN

)
, (Q−1

vl )
o ⪰ 0

(Lagrange optimality)

(Q−1
vl )

o
= arg max

Q−1
vl ⪰0

L(Q−1
vl , µ

o
vl),

(56)

where the Lagrange function is defined as follows:

L(Q−1
vl , µvl) =

(1− µvl) log2 det(Q
−1
vl (pHlH

H
l + σ2IN ) + IN )−

log2 det(σ
2Q−1

vl + IN ) + µvlCsc.

(57)

Proof of Theorem 2: Theorem 2 can be proved based on
Proposition 6.2.5 in [41]. Before starting the proof, we define
the objective function as:

F (Q−1
vl ) = log2 det(Q

−1
vl (pHlH

H
l + σ2IN ) + IN )−

log2 det(σ
2Q−1

vl + IN )
(58)

In the following, we prove that Theorem 2 provides neces-
sary and sufficient conditions for the optimality of our solution.

• If (Q−1
vl )

o and µo
vl are optimal primal and dual variables

for which strong duality holds, they must satisfy the
following conditions:

– For any (Q−1
vl )

o to be optimal, it must be in the
feasible set obviously, so the primal feasibility of
Theorem 2 is achieved.

– For the Lagrange optimality condition, as (Q−1
vl )

o

and µo
vl are primal and dual optimal and based on

the Lagrange function definition in (57),

F o = F ((Q−1
vl )

o)

(a)
= L((Q−1

vl )
o, µo

vl)

= max
Q−1

vl ⪰0,h(Q−1
vl )=0

L(Q−1
vl , µ

o
vl)

≤ max
Q−1

vl ⪰0
L((Q−1

vl ), µ
o
vl)

(b)
= F o

(59)

where
(a)
= holds due to the primal and dual optimality

of (Q−1
vl )

o and µo
vl respectively and

(b)
= holds due

to strong duality. Based on (59), equality holds
throughout (59) and we have:

(Q−1
vl )

o = arg max
Q−1

vl ⪰0
L((Q−1

vl ), µ
o
vl). (60)

which proves the Lagrange optimality condition in
Theorem 2.

• Conversely, If the primal feasibility and Lagrange opti-
mality conditions in Theorem 2 hold, then we can prove
that (Q−1

vl )
o and µo

vl are optimal primal and dual variables
for which strong duality holds. This can be easily proved
with the help of the fact that weak duality always holds.
The proof is omitted due to its simplicity, and interested
readers are referred to 6.2.5 in [41].
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Based on Theorem 2 and its proof, to prove that the matrix
in (21) is globally optimal (over the range of all positive semi-
definite matrices), it should satisfy the optimality conditions in
(56). To prove that the matrix in (21) optimizes the Lagrange
function, Lemma 1 is used.

Lemma 1: : [11, Appendix B] If matrix A and B are
positive (semi-)definite matrix and ΓA and ΓB have the
ordered eigenvalues of A and B on their diagonal respectively,
then:

det(AB+ In) ≤ det(ΓAΓB + In), (61)

with equality if the eigenvectors of A is conjugate transpose
of eigen vectors of B.

Using Lemma 1, the Lagrange function in (57) can be upper
bounded as follows:

L(Q−1
vl , µ

o
vl) ≤

(1− µo
vl) log2 det(Σ

−1
vlq(pΣlΣ

H
l + σ2IN ) + IN )−

log2 det(σ
2Σ−1

vlq + IN ) + µo
vlCsc,

(62)

where Σ−1
vlq is the matrix whose ith diagonal element is the ith

eigenvalues of Q−1
vl , ith diagonal elements of ΣlΣ

H
l is given

as λ2
il. Therefore (62) can be re-written as follows [40]:

L(Q−1
vl , µ

o
vl) ≤(1− µo

vl)

N∑
i=1

log2(λvlqi(pλ
2
li + σ2) + 1)−

log2(λvlqiσ
2 + 1) + µo

vlCsc

=

N∑
i=1

fi(λvlqi) + µo
vlCsc,

(63)
where each of the functions fi,∀i ∈ 1, . . . , N depends only
on one variable λvlqi,∀i ∈ 1, . . . , N ,

fi(λvlqi) =(1− µo
vl) log2(λvlqi(pλ

2
li + σ2) + 1)−

log2(λvlqiσ
2 + 1).

(64)

The derivative of fi(λvlqi) with respect to λvlqi is zero at
λo
vlqi, defined as follows:

λo
vlqi =

1

µo
vl

(
1

σ2
− 1

pλ2
li + σ2

)− 1

σ2
,∀i. (65)

Following the discussion on [11, Appendix. B], λo
vlqi in (65)

globally maximizes fi,∀i ∈ 1, . . . , N . However, restricting
λo
vlqi ≥ 0, the maximizer of fi,∀i ∈ 1, . . . , N is as follows:

λo
vlqi = max(0,

1

µo
vl

(
1

σ2
− 1

pλ2
li + σ2

)− 1

σ2
),∀i, (66)

where µo
vl is derived by inserting (66) into equality constraint

of (18). Inserting the optimal values given in (66) into the
upper bound in (63), the Lagrange function will be upper
bounded as follows:

L(Q−1
vl , µ

o
vl) ≤(1− µo

vl)

N∑
i=1

log2(λ
o
vlqi(pλ

2
li + σ2) + 1)−

log2(λ
o
vlqiσ

2 + 1) + µo
vlCsc

=L((Q−1
vl )

o
, µo

vl).
(67)

Hence, we have (Q−1
vl )

o = argmaxQ−1
vl ⪰0 L((Q

−1
vl ), µ

o
vl).

Consequently, both optimality conditions in (56) are satisfied
for (Q−1

vl )
o
, µo

vl, which means that (Q−1
vl )

o
, µo

vl are the global
maximizer of the maximization problem defined in (18).
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