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Abstract
In the current era of Artificial Intelligence Generated Content
(AIGC), a Low-Rank Adaptation (LoRA) method has emerged.
It uses a plugin-based approach to learn new knowledge with
lower parameter quantities and computational costs, and it can
be plugged in and out based on the specific sub-tasks, offer-
ing high flexibility. However, the current application schemes
primarily incorporate LoRA into the pre-introduced conditional
parts of the speech models. This fixes the position of LoRA,
limiting the flexibility and scalability of its application. There-
fore, we propose the Exploring Efficient and Extensible LoRA
Integration in Emotional Text-to-Speech (EELE) method. Start-
ing from a general neutral speech model, we do not pre-
introduce emotional information but instead use the LoRA plu-
gin to design a flexible adaptive scheme that endows the model
with emotional generation capabilities. Specifically, we initially
train the model using only neutral speech data. After training is
complete, we insert LoRA into different modules and fine-tune
the model with emotional speech data to find the optimal in-
sertion scheme. Through experiments, we compare and test the
effects of inserting LoRA at different positions within the model
and assess LoRA’s ability to learn various emotions, effectively
proving the validity of our method. Additionally, we explore the
impact of the rank size of LoRA and the difference compared to
directly fine-tuning the entire model.
Index Terms: LoRA, Text-to-speech, Emotion

1. Introduction
The development of text-to-speech (TTS) has reached a point
where it can generate very high-quality speech. For example,
VITS [1] and Grad-TTS [2] have incorporated complex neural
network architectures and training strategies to generate results
that are very close to real speech. In this field, emotion genera-
tion has always been a hot topic that researchers are constantly
exploring. Adding emotion to speech not only enhances the re-
alism of generated results, but also has significant application
value in various real-life scenarios, such as in movies, games,
and voice acting.

There has been a significant amount of work on emotion
TTS, but most of these approaches incorporate emotional in-
formation during the initial model training stage. These ap-
proaches can be broadly categorized into three types: directly

* denotes corresponding author.

providing emotion categories, predicting emotions from text,
and extracting emotions from reference speech. In the approach
that directly provides emotion categories, C Cui et al. [3] di-
rectly provide emotion labels, which are sent into the emotion
predictor along with the results from the text encoder. The gen-
erated emotional information is then fed into the subsequent
parts of the model. In the approach that predicts emotions from
text, Tu et al. [4] argue that emotional labels depend on the
contextual situation rather than specific tags. Therefore, they
predict emotions by modeling the context. In the approach that
extracts emotions from reference audio, S. Oh et al. [5] pro-
posed the Global Style Token (GST) method. This method en-
codes reference audio and combines it with global emotion la-
bels through attention mechanisms, using the result as an emo-
tional embedding. R. Liu et al. [6] employed a similar ap-
proach, adding emotion recognition for adversarial training to
improve the accuracy of label generation. Additionally, D. Min
et al. [7] directly encoded the style of the reference audio and
fed the result into the model. Kang et al. [8] utilized a dif-
fusion model for speech synthesis, incorporating the encoded
result into the diffusion steps.

Despite the outstanding emotional expression achieved by
these methods, their inclusion of emotion information during
training limits the inference stage to a fixed number of emotion
categories, resulting in insufficient scalability and flexibility. In
the current context of the booming development of AIGC tech-
nology, fine-tuning large models with all parameters requires a
significant amount of computational cost. Therefore, the LoRA
[9] plugin method has emerged. It records new knowledge by
freezing the original parameters of the model and multiplying
two low-rank matrices. When facing different downstream seg-
mentation tasks, LoRA can train multiple sets of plugins to
achieve plug-and-play simultaneously.

Due to the low computational cost and flexibility of LoRA,
many related works have emerged. V Shah et al. [10] used
LoRA to independently learn the style and content of images,
achieving arbitrary combinations of style and content. CP Hsieh
et al. [11] inserted LoRA into the attention mechanism of the
FastPitch [12] model to learn the timbre differences between un-
seen and seen speakers, enabling the model to synthesize speech
for new speakers. Z Song et al. [13] utilized LoRA to capture
language-specific features, enabling multilingual speech recog-
nition. Additionally, there are some related variants. Y Wang et
al. [14] additionally introduced diagonal weight matrices to en-
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(a) Text information modeling (b) Distribution transformation (c) Decode (d) Acoustic information modeling

(e) Duration (f) Duration and text information (g) Duration and acoustic information(h) Duration, acoustic information and
projection

Figure 1: An overview of all attempts to add LoRA to the model. represents freezing all parameters. represents freezing all
parameters and adding LoRA for fine-tuning.

hance the modeling capability of low-rank matrices. S. Hayou
et al. [15] set different learning rates for two low-rank matrices
to improve model training efficiency. L. Zhang et al. [16] froze
one of the two low-rank matrices and trained only the other ma-
trix independently. This halved the number of parameters while
maintaining performance comparable to standard LoRA tech-
niques.

Although there are many applications and improvements of
LoRA, most of them are limited to adjusting the condition part
of the model, which requires the model to pre-introduce control
information. This actually limits the potential for further expan-
sion of the model’s functionality. Therefore, we propose the Ex-
ploring Efficient and Extensible LoRA Integration in Emotional
Text-to-Speech (EELE) method. We use the VITS2 model [17]
as our baseline, training the model with neutral speech data.
Subsequently, we added LoRA to different modules within the
model and fine-tuned it with emotional speech data, using sub-
jective and objective experiments to verify and test the impact of
adding LoRA at different positions. We also trained a separate
set of LoRA for each emotion to test LoRA’s ability to learn dif-
ferent emotions. After endowing the neutral model with emo-

tional generation capabilities, we further explore the impact of
the rank size of LoRA and the difference compared to directly
fine-tuning the entire model. The main contributions in this pa-
per are as follows:

• We have explored a more flexible and scalable approach
for emotion adaptation in speech models.

• Through experiments, we tested the impact of deploy-
ing the LoRA module at different positions on emotional
synthesis and validated the effectiveness of the proposed
method.

• We tested and validated the impact of rank size on
LoRA’s emotional learning ability and compared the op-
timal scheme of adding LoRA with the approach of fine-
tuning the entire model.

2. Method
This section mainly introduces our various attempts to add emo-
tional generation capabilities to the neutral synthesis model us-
ing LoRA, as well as the models and methods we used.



We explored using the current mainstream VITS2 model
[17]. We added LoRA modules to the model using Microsoft’s
open-source LoRAlib package [18]. We experimented with
eight different combinations of adding LoRA, as shown in Fig-
ure 1.

The VITS2 [17] model utilizes GAN [19] mechanisms dur-
ing training. Since the discriminator does not participate in the
inference process, its parameters are not frozen during fine-
tuning. Similarly, the speech encoder also follows this ap-
proach.

2.1. Where to add: Exploring the deployment of LoRA

A text encoder is responsible for extracting text features. A
stochastic duration predictor estimates duration features from
these text features. The projection layer determines the sam-
pling distribution. The flow layer converts the sampling results
into acoustic features, and the decoder transforms these acoustic
features into a speech waveform.

From the functions of these modules, it can be seen that
the text encoder and projection layer are mainly responsible for
front-end modeling, the flow layer and decoder are responsible
for back-end modeling, and the duration predictor is responsible
for modeling alignment information. So when adding LoRA to
the model, it is mainly divided into these three categories for
design.

We integrated LoRA in eight different ways, as shown in
Figure 1, to explore whether emotion is more suitable for mod-
eling in the front-end text features or in the back-end acoustic
features. Additionally, we investigated the impact of duration
alignment information on emotional expression.

2.2. How to add: Implantation of LORA in TTS model

In the VITS2 model [17], linear layers and 1D convolutional
layers are primarily used. The LoRAlib package [18] conve-
niently includes methods for adding LoRA to these types of
layers. After importing the package, we added low-rank ma-
trices to each layer of the corresponding modules according to
the eight different schemes, as illustrated in Figure 2.

Figure 2: LoRA adds low-rank matrices to each layer.In the di-
agram, the blue W represents the frozen original model param-
eters, the red A and B represent the low-rank matrices, and the
yellow x and h represent the layer’s input and output, respec-
tively.

3. Experiment Setup
3.1. DataSet

We used the ESD [20] dataset and the VCTK [21] dataset.
The VCTK Corpus includes around 44 hours of speech data

uttered by 110 English speakers with various accents. Each
speaker reads out about 400 sentences, which were selected
from a newspaper, the rainbow passage, and an elicitation para-
graph used for the speech accent archive. We resampled all
speeches to 16 kHz.

ESD is an Emotional Speech Database for voice conversion
research. The ESD database consists of 350 parallel utterances
spoken by 10 native English and 10 native Chinese speakers
and covers 5 emotion categories (neutral, happy, angry, sad, and
surprise). More than 29 hours of speech data were recorded
in a controlled acoustic environment. The database is suitable
for multi-speaker and cross-lingual emotional voice conversion
studies. In this experiment, only the English data was used. We
resampled all speeches to 16 kHz.

3.2. Metric

In the subjective experimental part, we hired 20 volunteers to
conduct emotional evaluations of the experimental results and
distinguish the emotional categories of speech. After the eval-
uation is completed, calculate the ratios recognized as corre-
sponding emotions separately.

The objective experiment used a pre-trained model for emo-
tion recognition [22] to identify the experimental results. After
the evaluation is completed, calculate the ratios recognized as
corresponding emotions separately.

3.3. Task

In the subjective experiment, we hired 25 paid evaluators who
had undergone professional training. They primarily assessed
the eight methods of adding LoRA shown in Figure 1 compared
to the original without LoRA. For each emotion, they judged the
proportion of sentences that were identified as expressing the
corresponding emotion. Each evaluator assessed 300 sentences
for each emotion.

In the objective evaluation, we used a pre-trained model in-
stead of human judgment to perform the same type of experi-
ment as in the subjective evaluation. Additionally, for the best-
performing LoRA integration method, we tested the impact of
matrix rank size and compared the emotional expression perfor-
mance with that of fine-tuning.

4. Experiment and Analysis
4.1. Subjective evaluation

The results of the subjective experiment are shown in Table 1.
Among them, tts represents the evaluation results of the speech
synthesized using a pre-trained neutral speech model without
adding any LoRA plugins or conducting any fine-tuning.

Based on the results in the table, it can be observed that
emotions with distinct characteristics, such as angry, often
have high recognition rates. In contrast, more neutral emotions,
such as surprise, are harder for people to perceive. The emo-
tions sad and happy show relatively balanced performance.
Among them, g demonstrates notable expressiveness. We guess
that emotional information is a speech feature, and therefore,
assigning the learning of this knowledge to the model’s acoustic
modeling part can enhance its ability to model emotions. Ad-



Table 1: Subjective emotion recognition results

Emotion tts a b c d e f g h
Angry 0.64 0.63 0.76 0.77 0.81 0.65 0.65 0.88 0.78
Happy 0.32 0.29 0.42 0.41 0.59 0.31 0.43 0.62 0.44
Sad 0.17 0.18 0.28 0.20 0.46 0.31 0.27 0.45 0.33
Supurise 0.05 0.10 0.25 0.06 0.12 0.19 0.03 0.15 0.17

Table 2: Objective emotion recognition results

Emotion tts a b c d e f g h
Angry 0.7 0.67 0.78 0.71 0.82 0.68 0.67 0.86 0.83
Happy 0.23 0.36 0.48 0.33 0.53 0.35 0.35 0.55 0.52
Sad 0.12 0.22 0.33 0.23 0.39 0.21 0.23 0.42 0.31
Supurise 0.02 0.03 0.15 0.06 0.18 0.12 0.05 0.23 0.21

Table 3: The impact of changes in r-value

Emotion r=2 r=4 r=8 r=16
Angry 0.86 0.85 0.85 0.86
Happy 0.55 0.54 0.55 0.55
Sad 0.41 0.43 0.41 0.42
Supurise 0.21 0.23 0.22 0.23

ditionally, the duration of pronunciation also affects emotional
expressiveness, as people often use the speed of speech as one
of the factors in determining the emotional category.

4.2. Objective evaluation

4.2.1. Emotion recognition results

The results of the objective experiment are shown in Table 2.
Among them, tts represents the evaluation results of the speech
synthesized using a pre-trained neutral speech model without
adding any LoRA plugins or conducting any fine-tuning.

The objective experiment indicates that g performs the best,
which is consistent with the findings of the subjective experi-
ment. Among them, the recognition rate for angry is the high-
est, with more noticeable improvements observed for happy
and sad, while surprise still maintains the lowest recognition
rate.

4.2.2. The impact of changes in r-value

The impact of the r-value on emotional performance is shown in
Table 3. r represents the size of the matrix rank, where smaller
values of r indicate fewer parameters. We selected the best-
performing g and conducted four experiments with r values of
2, 4, 8, and 16.

From the experimental results, we found that varying the r-
value did not appear to affect emotional performance. We have
two hypotheses: (1) We trained LoRA separately for each emo-
tion, and emotions contain relatively limited information, which
can be learned with a small number of parameters. (2) The emo-
tional fine-tuning data we used may not be sufficient, allowing
LoRA to fully learn the emotional information with fewer pa-
rameters.

4.2.3. Compared with fine-tuning

The primary goal of this section’s experiment is to observe
whether our method has an advantage over conventional fine-

Table 4: Comparison between fine-tuning and our method

Emotion g fine-tune
Angry 0.86 0.86
Happy 0.55 0.67
Sad 0.42 0.55
Surprise 0.23 0.33

tuning. The experimental results are shown in Table 4.
We also used g as the method for adding LoRA, with an r-

value of 16. We observed that, apart from angry which showed
the same performance, the recognition rates for the other three
emotions were slightly lower compared to direct fine-tuning.
We speculate that the decoupling of information in the current
synthesis model is not yet complete. As a result, the text feature
modeling part also affects emotional performance. If we con-
tinue to add LoRA to the relevant parts, the performance should
improve. Although the current experimental results are slightly
behind, considering the number of parameters, scalability, and
plug-and-play convenience, the method of using LoRA to en-
dow the model with emotional expression capabilities is still
highly advantageous.

5. Conclusion
In this paper, we introduced the EELE method, using LoRA to
enable neutral TTS models to generate emotional speech with-
out requiring emotion-specific training. This plug-and-play so-
lution proved effective, creating a flexible, scalable emotional
TTS system. Evaluations confirmed its ability to enhance emo-
tional expression, with applications in movies, games, and voice
acting. The EELE method advances adaptable emotional TTS
systems, contributing to AI-generated content, with future work
focusing on refining LoRA integration and broadening emo-
tional expression.
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