arXiv:2301.09776v1 [eess.IV] 24 Jan 2023

Differentiable bit-rate estimation for neural-based video codec enhancement

Amir Said Qualcomm AI Research^* San Diego, CA, USA asaid@qti.qualcomm.com

Manish Kumar Singh Qualcomm AI Research^* San Diego, CA, USA masi@qti.qualcomm.com

Reza Pourreza Qualcomm AI Research^* San Diego, CA, USA pourreza@qti.qualcomm.com

Abstract—Neural networks (NN) can improve standard video compression by pre- and post-processing the encoded video. For optimal NN training, the standard codec needs to be replaced with a codec proxy that can provide derivatives of estimated bit-rate and distortion, which are used for gradient back-propagation. Since entropy coding of standard codecs is designed to take into account non-linear dependencies between transform coefficients, bit-rates cannot be well approximated with simple per-coefficient estimators. This paper presents a new approach for bit-rate estimation that is similar to the type employed in training end-to-end neural codecs, and able to efficiently take into account those statistical dependencies. It is defined from a mathematical model that provides closed-form formulas for the estimates and their gradients, reducing the computational complexity. Experimental results demonstrate the method’s accuracy in estimating HEVC/H.265 codec bit-rates.

Index Terms—video coding, neural network video enhancement, bit-rate estimation

I. INTRODUCTION

In consumer devices, video codecs are commonly implemented using custom hardware (ASICs), that provide high performance but reduce flexibility, since modifications require slow and expensive re-designs and deployment.

Codec performance can be improved without ASIC changes by modifying the video before encoding and after decoding, and the latest trend is to employ neural networks (NN), as shown in Fig. 1(a). Examples of applications include denoising, artifact removal, resolution changes, etc. [1]–[3].

Best results are expected with an end-to-end optimization, i.e., NN training that takes into account codec parameters and performance. A fundamental problem is that NN training is much more effective when it can use derivatives of performance measurements [4], [5], but those are not directly obtainable from common standard video codec implementations.

The solution is to employ a codec proxy (e.g., [6]–[9]), that can accurately estimate performance factors and corresponding derivatives, as shown in Fig. 1(b), enabling NN gradient backpropagation [10], [11]. In the context of video coding, the loss function must simultaneously take into account the conflicting objectives of minimizing distortion and bit-rates.

For distortion estimation, the approaches developed for training end-to-end neural codecs (EENCs) provide good

*Qualcomm AI Research is an initiative of Qualcomm Technologies, Inc.

Fig. 1. Systems for (a) video compression enhancement with neural networks, and (b) corresponding network training.

differentiable approximations, and can be used together with methods to estimate subjective quality [8], [9], [12].

On the other hand, the differentiable bit-rate estimation methods developed for EENCs cannot be directly modified to the standard codec case, since they are applied to very different types of data, and thus use quite distinct strategies for optimizing entropy coding.

The problem of bit-rate estimation for video compression is well-known, since it is needed for rate control, which is fundamental for practical video coding [13], [14]. Several methods use, for example, models that estimate bit-rates based the quantizer step size Q [15], [16].

However, most of those methods are meant to be directly used with the standard codecs, and thus may not be differentiable, nor suitable to the conditions of NN training, where it is necessary to obtain estimates at the fine scale of transform blocks, with per-pixel derivatives.

Methods like the well-known ρ-domain rate control [17], are more suitable for small-scale estimations, but become less accurate when modified to a differentiable version (cf. eq. (1)).

In this paper, we propose a bit-rate estimation designed to work with the data used by the standard codecs, but that achieves higher accuracy by using a form of data modeling that is similar to that used in training neural codecs. We show

Fig. 2. Simplified diagram of the hybrid video encoding used in standard codecs.

that, since it is based on a mathematical formulation, it is possible to derive closed-form equations for the estimate and corresponding derivatives, enabling more efficient computations and faster NN training.

In the next section we discuss why advanced entropy coding makes accurate bit-rate estimation difficult, and in Section III we present the proposed statistical model, and its similarity to what is used in EENCs. Section IV presents the formulas and computation methods, and the experimental results are shown and discussed in Section V.

II. ENTROPY CODING IN VIDEO CODECS Fig. 2 shows a diagram of the hybrid coding architecture used by standard video codecs, and introduces the notation used in this document. At a given encoding stage a block of M × N pixel is predicted, an orthogonal transform is applied to the vector r of prediction residuals, the resulting vector d is divided by quantizer step size Q to obtain the scaled coefficients c, that are finally quantized and entropy-coded.

In this notation all vectors have dimension K = MN, and to maintain consistency with signal processing notation, all vector and matrix indexes start at zero.

One simple way to estimate bit-rates is to sum percoefficient estimates. For example, the differentiable approximation to ρ-domain estimation used in [8] is

R̂_d(c) = μ^{K−1} ∑ k=0 log_2(1 + |c_k|), (1)

where μ is a factor obtained from JPEG bit-rates.

The main problem with this approach is that transform coefficients are not coded separately, since they are not statistically independent. In fact, exploiting magnitude dependencies yields large compression gains, and motivates the adoption of quite complex forms of entropy coding [18]–[21].

For this reason many implementations use the standard’s actual entropy encoding method for bit-rate estimation. While this approach is the most precise, there are many practical problems in adapting it to create a differentiable version.

Differentiable approximations have been developed for solving the problem that quantization derivatives are zero nearly everywhere [7], [8], [22]. While they are quite useful for distortion estimates, it is much harder to employ them in complex entropy coding processes based on quantized values.

For example, coefficients quantized to zero are commonly coded together, or by signaling the position of the last nonzero

Fig. 3. Comparison of systems for bit-rate estimation based on statistical models.

element. Nonzero values are binarized and can be coded with a variable number of passes, using different coding contexts per binary symbol [19], [20].

Those difficulties motivate searching for better bit-rate estimation methods, based on the same statistical properties, but using a different methodology.

III. MODEL-BASED ESTIMATION Fig. 3(a) shows the basic structure used for training an EENC with a hyper-prior architecture [12]. It is based on establishing an statistical model of the non-linear transform elements (to be entropy coded after quantization), defined by the distribution type (commonly Gaussian), and array σ with standard deviations.

This approach can naturally incorporate the statistical dependencies among many data elements, translated into the variations on standard deviation values, and experimental results have shown that it yields quite accurate bit-rate estimates.

For those reasons, we propose a similar approach, shown in Fig. 3(b), with the following differences

• It is applied to coefficients of an orthogonal transform, like discrete cosine or sine, used by the standard codec.

• Transform coefficients are assumed to be zero-mean random variables with Laplace distributions, and the standard deviations are defined by a model with a few parameters in vector g.

• The statistical model is based on the empiric observation that the variance of transform coefficients tends to decrease exponential with frequency [23], with decrease rate depending on orientation of pixel patterns • For each block, the maximum-likelihood (ML) parameters g^∗ are computed, using all coefficient values, and the model and g^∗ are used to estimate bit-rate and gradient.

IV. PRACTICAL IMPLEMENTATION There are many practical details in the implementation of a codec proxy that are outside the scope of this paper. As shown in Fig. 4, we assume the main prediction parts of a hybrid encoder, shown in Fig. 2, are approximated. Similarly, the

Fig. 4. Proposed system for bit-rate estimation.

choice of Q can be fixed or change randomly [9], depending on training objectives.

The main strategy is what was outlined in the previous section, and in this section we present approximations needed for a practical implementation, plus some heuristics that were shown to improve accuracy and numerical stability.

To use indexes that are related to two-dimensional transforms, vectors m and n are defined by m_k^{def}= ⌊k/N⌋ , n_k^{def}= k − N m_k, (2) and using 1 to represent the all-ones vector, we define the following K × 3 matrix A^{def}= [ 1 m n ] . (3) A. Coefficient adjustment

To approximate the common dead-zone [24] or R-D optimized [25] quantization, transform coefficients are first “adjusted” to reduce small magnitudes, using the function shown in Fig. 5, together with its derivative

ψ(c)^{def}= c^3 c^2 + τ

, (4)

Ψ(c)^{def}= dψ(c) dc = 1 + τ ( c^2 − τ ) (c^2 + τ)^2 . B. Noise addition

Uniform noise is added to avoid numerical instability when all coefficients are zero or very small. Given an array of uniformly distributed random variables η_k ∼ U(−ϵ, ϵ), we define vectors t and w, used for estimation t_k^{def}= ψ(c_k), w_k^{def}= |t_k + η_k| . (5) C. Probability distribution model

For estimating model parameters, it is assumed that elements of vector w have exponential probability distribution, and their standard deviation decay exponentially with frequency according to 3-dimensional parameter vector g, as σ_k (g) = exp(−[g_0 + m_kg_1 + n_kg_2]) . (6) To simplify notation we define the vector with standard deviation reciprocals

s_k(g)^{def}= 1/σ_k(g) = exp(g_0 + m_kg_1 + n_kg_2) , (7) to obtain the probability distribution functions f(w_k; s_k(g)) = s_k(g)e^{−sk (g)wk} . (8)

Fig. 5. Function used for transform coefficient adjustments, and its derivative.

D. Maximum-likelihood parameters

The likelihood function defined by distributions in (8) is

L(g) = K−1∏ k=0 f(w_k; s_k(g)), (9)

and the negative of the log-likelihood is

L(g)^{def}= − log(L(g)) = w^T s(g) − 1^TAg. (10)

Using ∘ to represent per-element vector multiplications, and considering that the gradient

∇L(g) = A^T [w ∘ s(g) − 1] , (11)

and 3 × 3 symmetric Hessian matrix

H(g) = A^T diag[w ∘ s(g)] A, (12)

are easy to compute, the maximum-likelihood solution can be found, for example, applying Newton’s iterations

g ← g − [H(g)]^{−1} ∇L(g), (13)

which should, with proper implementation [26], converge to optimal solution g^∗.

Note that 3 × 3 symmetric matrix inversions, or a form of Cholesky decompositions, can be easily computed.

E. Bit-rate estimation

With the maximum-likelihood probability distribution parameters s^{∗ def}= s(g^∗), we can use the technique developed for end-to-end neural codecs [12] to obtain differentiable estimates of the bit-rates, assuming that adjusted parameters t_k have Laplace probability distribution, with the cumulative distribution function in the form

F (t; s) =

{_1 2 e^{st}, t < 0, 1 −^1_2 e^{−st}, t ≥ 0.

(14)

and parameters s^∗_k. This is not mathematically exact, due to noise addition in (5), but is a convenient approximation.

The differentiable estimated probability of the quantized transform coefficient is given by

p_k = F (t_k + 1/2; s^∗_k) − F (t_k − 1/2; s^∗_k), (15)

and the bit-rate is estimated from the entropy equation

R̂(c) = − α K K−1∑ k=0 log_2(p_k) , (16)

Fig. 6. Distribution of number of iterations to achieve high precision.

where multiplicative factor α is added for calibration, similarly to parameter μ in eq. (1).

Note that during training, bit-rates must be multiplied by a factor before being added to distortion. This factor depends on the training objectives, and optimal values can only be determined through validation tests.

For example, experimental tests can show that a certain value of α can be best for H.264/AVC, and another value for H.265/HEVC. The main objective is to have consistency in the estimates, so that design choices are correctly based on video characteristics.

F. Partial derivative computations

Since all stages in the derivation of (16) are differentiable, gradient ∇R̂(c) can be effectively and easily computed using automatic differentiation [10], [11].

However, the use of Newton iterations to determine g^∗ requires creating sequences of vectors g^{(0)}, g^{(1)}, . . ., which adds extra computations during gradient back-propagation.

Those computations can be eliminated by exploiting the mathematical properties of the model’s formulation. It can be shown that, defining functions

γ(k, δ)^{def}= αs^∗_k exp(−s^∗_k|t_k + δ|) 2 ln(2)Kp_k

, (17)

ϕ(k, δ)^{def}= (t_k + δ) γ(k, δ),

and vectors

u_k^{def}= γ(k, 1/2) − γ(k, −1/2), (18) v_k^{def}= ϕ(k, 1/2) − ϕ(k, −1/2), y_k^{def}= Ψ(c_k), z_k^{def}= sign(t_k + η_k) s^∗_k,

the bit-rate gradient can be computed directly and more efficiently using the equation

∇R̂(c) = y ∘ [ z ∘ ( A [H(g^∗)]^{−1} A^T v ) − u ] . (19)

Note that, even though each term of ∇R̂(c) depends on all elements of c, the efficient computation of intermediate results allows the computation to be done with O(MN) instead of O(M^2N^2) complexity, and it is easy to optimize the implementation and parallelize vector and matrix operations.

Fig. 7. Histograms of ratios between estimated and HM bit-rates from different differentiable and non-differentiable methods.

V. EXPERIMENTAL RESULTS The proposed method was tested to estimate bit-rates of the H.265/HEVC codec. HM 16.20 reference implementation [27] was modified to output the DCT of block residuals, and the resulting estimates were compared to the number of bits actually used for each frame.

Experiments were performed using a low-delay-P configuration, on test videos of VVC standardization, classes A1, A2, B, and E, with QP = 22, 27, 32, and 37. For consistency, all 14 videos were converted to 1280 × 720 HD resolution, 250 frames per video, for a total of 14,000 frames tested.

The estimation used only the luma component in all tested methods. Due to lack of space, only 8 × 8 block results are reported here, and that was the forced transform size.

The method was implemented using τ = 0.4 in eq. (4), and η = 0.05 was used for uniform noise generation (significantly smaller than used for EENC training).

In all tests the initial solution was g_1 = g_2 = 0.05 and

g_0 = − ln ( 1 K K−1∑ k=0 w_k e^{g1mk +g2 nk} ) . (20)

Fig. 6 shows the observed distribution of the number of Newton iterations (13), using this initialization. It can be seen that, in the majority of cases, sufficiently high precision is achieved in only 3 iterations.

Fig. 7 shows histograms of ratios between bit-rates from some estimation methods and actual HM bit-rates. In this type of figure an ideal estimator would have 100% of the ratios around one. All tested methods used calibration coefficients optimized on the four QP values, to measure their accuracy over a wide range of bit rates.

The best results are obtained using the AGP method [28] for context-based entropy coding (a simpler entropy coding method), and somewhat worse results are obtained using using the ρ-domain estimator [17]. However, those are nondifferentiable estimators.

The proposed method yields accuracy between AGP and ρ-domain, while being differentiable. The performance of the differentiable estimator of eq. (1) [8], on the other hand, is significantly less accurate (note that about 8% of the ratios

TABLE I STANDARD DEVIATION OF THE ESTIMATION RATIOS, ACCORDING TO HM QP VALUES.

QP Avrg. Estimation method bit-rate ρ-domain AGP Eq. (1) Proposed

22 0.257 0.158 0.121 0.817 0.126 27 0.120 0.131 0.125 0.708 0.129 32 0.059 0.149 0.131 0.678 0.147 37 0.030 0.252 0.222 0.709 0.243 All — 0.179 0.156 0.730 0.168

are actually off-scale, beyond 4), indicating the shortcomings of all forms of per-coefficient estimations.

Bit-rate estimation is easier in high-rate settings, and this can be observed by measuring the standard deviation of ratios measured / actual bit-rates, for different QP values, as shown in Table I. We can observe that, as the average bit rate varies by about one order of magnitude, the general pattern is the same observed in Fig. 7.

AGP provides the most accurate and consistent results in all bit rates, closely followed by the proposed method, with accuracy decreasing mostly for lower rates (QP = 37). The ρ-domain estimator is slightly less consistent, while the percoefficient estimator has standard deviations that are significantly larger in all tests.

VI. CONCLUSIONS

The experimental results confirm the advantages of using the approach proposed in Section III

• Bit-rate estimations are much more precise when they, like entropy coding methods, take into account the statistical dependencies between magnitudes of transform coefficients.

• Employing a statistical model, with magnitude dependencies defined by distribution of standard deviations (as used when training end-to-end neural codecs), greatly increase estimation accuracy.

• Using a proper mathematical formulation allows for direct computations of estimates and their derivatives, and reduction of computational complexity.

REFERENCES

[1] S. Ma, X. Zhang, C. Jia, Z. Zhao, S. Wang, and S. Wang, “Image and video compression with neural networks: a review,” IEEE Trans. Circuits Syst. Video Technol., vol. 30, no. 6, pp. 1683–1698, June 2020, arXiv:1904.03567v2.

[2] D. Ding, Z. Ma, D. Chen, Q. Chen, Z. Liu, and F. Zhu, “Advances in video compression system using deep neural network: a review and case studies,” Proc. IEEE, vol. 109, no. 9, pp. 1494–1520, Mar. 2021, arXiv:2101.06341v1.

[3] S. Anwar, S. Khan, and N. Barnes, “A deep journey into superresolution: A survey,” ACM Computing Surveys, vol. 53, no. 3, pp. 1–34, 2020, arXiv:1904.07523v3.

[4] L. Bottou, “Large-scale machine learning with stochastic gradient descent,” in Proc. of COMPSTAT’2010. 2010, pp. 177–186, Springer.

[5] I. Goodfellow, Y. Bengio, and A. Courville, Deep learning, MIT press, 2016.

[6] K. Qiu, L. Yu, and D. Li, “Codec-simulation network for joint optimization of video coding with pre- and post-processing,” IEEE Open J. Circuits Systems, vol. 2, pp. 648–659, 2021.

[7] X. Luo, H. Talebi, F. Yang, M. Elad, and P. Milanfar, “The ratedistortion-accuracy tradeoff: JPEG case study,” 2020.

[8] O. G. Guleryuz, P. A. Chou, H. Hoppe, D. Tang, R. Du, P. Davidson, and S. Fanello, “Sandwiched image compression: wrapping neural networks around a standard codec,” in Proc. IEEE Int. Conf. Image Process., Anchorage, AK, USA, Sept. 2021.

[9] A. Chadha and Y. Andreopoulos, “Deep perceptual preprocessing for video coding,” in Proc. Conf. Comput. Vision Pattern Recognition, June 2021.

[10] A.G. Baydin, B.A. Pearlmutter, A.A. Radul, and J.M. Siskind, “Automatic differentiation in machine learning: a survey,” Journal of Marchine Learning Research, vol. 18, pp. 1–43, 2018.

[11] A. Paszke, S. Gross, S. Chintala, G. Chanan, E. Yang, Z. DeVito, Z. Lin, A. Desmaison, L. Antiga, and A. Lerer, “Automatic differentiation in PyTorch,” in Conference on Neural Information Processing Systems (NIPS) Workshop, 2017.

[12] J. Ballé, D. Minnen, S. Singh, S. J. Hwang, and N. Johnston, “Variational image compression with a scale hyperprior,” in Sixth Int. Conf. Learning Representations, Vancouver, Canada, Apr. 2018, arXiv preprint arXiv:1802.01436v2.

[13] B. Li, H. Li, L. Li, and J. Zhang, “λ domain rate control algorithm for high efficiency video coding,” IEEE Transactions on Image Processing, vol. 23, no. 9, pp. 3841–3854, 2014.

[14] A.A. Ramanand, I. Ahmad, and V. Swaminathan, “A survey of rate control in HEVC and SHVC video encoding,” in 2017 IEEE Int. Conf. on Multimedia & Expo Workshops, 2017, pp. 145–150.

[15] S. Ma, W. Gao, and Y. Lu, “Rate-distortion analysis for H.264/AVC video coding and its application to rate control,” IEEE Trans. Circuits Syst. Video Technol., vol. 15, no. 12, pp. 1533–1544, 2005.

[16] D.-K. Kwon, M.-Y. Shen, and C.-C. J. Kuo, “Rate control for H.264 video with enhanced rate and distortion models,” IEEE Trans. Circuits Syst. Video Technol., vol. 17, no. 5, pp. 517–529, 2007.

[17] Z. He and S.K. Mitra, “Optimum bit allocation and accurate rate control for video coding via ρ-domain source modeling,” IEEE Transactions on Circuits and Systems for Video Technology, vol. 12, no. 10, pp. 840–849, 2002.

[18] I. E. Richardson, The H.264 Advanced Video Compression Standard, John Wiley and Sons Ltd., West Sussex, England, second edition, 2010.

[19] V. Sze and M. Budagavi, “High throughput CABAC entropy coding in HEVC,” IEEE Trans. Circuits Syst. Video Technol., vol. 22, no. 12, pp. 1778–1791, Dec. 2012.

[20] V. Sze and D. Marpe, “Entropy coding in HEVC,” in High Efficiency Video Coding (HEVC): Algorithms and Architectures, V. Sze, M. Budagavi, and G. J. Sullivan, Eds., chapter 8, pp. 209–274. Springer, 2014.

[21] M. Wien, High Efficiency Video Coding: Coding Tools and Specification, Springer-Verlag, Berlin, 2015.

[22] R. Shin and D. Song, “JPEG-resistant adversarial images,” in NIPS 2017 Workshop on Machine Learning and Computer Security, 2017.

[23] A. Said and D. Mukherjee, “Exploiting patterns of data magnitude for efficient image coding,” in Proc. IEEE Int. Conf. Image Process., San Diego, CA, Oct. 2008, pp. 2900–2903.

[24] G. J. Sullivan and S. Sun, “On dead-zone plus uniform threshold scalar quantization,” in Proc. SPIE Vol. 5960: Visual Commun. Image Process., Beijing, China, July 2005.

[25] M. Karczewicz, P. Chen, Y. Ye, and R. L. Joshi, “R-D based quantization in H.264,” in Proc. SPIE Vol. 7443: Applicat. Digital Image Process., San Diego, CA, USA,, Sept. 2009.

[26] W. H. Press, S. A. Teukolsky, W. T. Vetterling, and B. P. Flannery, Numerical Recipes: The Art of Scientific Computing, Cambridge University Press, Cambridge, UK, third edition, 2007.

[27] “HEVC HM reference software,” https://vcgit.hhi.fraunhofer.de/jvet/HM. [28] A. Said and W. A. Pearlman, “Low-complexity waveform coding via alphabet and sample-set partitioning,” in Proc. SPIE Vol. 3024: Visual Commun. Image Process., San Jose, CA, Feb. 1997, pp. 25–37.