arXiv:2405.11405v2 [cs.IT] 23 May 2024

On the Rate-Distortion Function for Sampled Cyclostationary Gaussian Processes with Memory:

Extended Version with Proofs

Zikun Tan, Ron Dabora, H. Vincent Poor

Abstract—In this work we study the rate-distortion function (RDF) for lossy compression of asynchronously-sampled continuous-time (CT) wide-sense cyclostationary (WSCS) Gaussian processes with memory. As the case of synchronous sampling, i.e., when the sampling interval is commensurate with the period of the cyclostationary statistics, has already been studied, we focus on discrete-time (DT) processes obtained by asynchronous sampling, i.e., when the sampling interval is incommensurate with the period of the cyclostationary statistics of the CT WSCS source process. It is further assumed that the sampling interval is smaller than the maximal autocorrelation length of the CT source process, which implies that the DT process possesses memory. Thus, the sampled process is a DT wide-sense almost cyclostationary (WSACS) processes with memory. This problem is motivated by the fact that man-made communications signals are modelled as CT WSCS processes; hence, applications of such sampling include, e.g., compress-and-forward relaying and recording systems. The main challenge follows because, with asynchronous sampling, the DT sampled process is not informationstable, and hence the characterization of its RDF should be carried out within the information-spectrum framework instead of using conventional information-theoretic arguments. This work expands upon our previous work which addressed the special case in which the DT process is independent across time. The existence of dependence between the samples requires new tools to obtain the characterization of the RDF.

I. INTRODUCTION As man-made sequences and waveforms typically involve repetitive operations, many communications signals inherently possess periodically time-varying statistical characteristics, and hence are commonly modeled as continuous-time (CT) wide-sense cyclostationary (WSCS) processes [1, Sec. I]. Modern communications systems process discrete-time (DT) signals, which are obtained by sampling the CT received signals. Sampling a CT WSCS signal does not necessarily result in a DT WSCS signal: if the ratio between the sampling interval and the period of the autocorrelation function of the CT WSCS process is a rational number, a situation referred to as synchronous sampling, the sampled process is a DT WSCS process; however, if this ratio is an irrational number, which is referred to as asynchronous sampling, the sampled process is a DT wide-sense almost cyclostationary (WSACS)

Z. Tan and R. Dabora are with the School of ECE, Ben-Gurion University, Be’er-Sheva, Israel (emails: tanziku@post.bgu.ac.il, daborona@bgu.ac.il). R. Dabora is currently a Visiting Fellow at Princeton University. H. V. Poor is with the Department of ECE, Princeton University, Princeton, NJ, USA (email: poor@princeton.edu). This work was supported in part by the Israel Science Foundation under Grant 584/20, and in part by the U.S National Science Foundation under Grants CNS-2128448 and ECCS-2335876.

process [2, Sec. 3], [1, Sec. 3.9]. Asynchronous sampling could arise, for example, in relay channels, in which the relay employs compress-and-forward [3]: the relay first compresses its DT sampled received signal and subsequently forwards the compressed version to the destination [4]. Practically, due to clock jitter, see, e.g., [5, 6], the sampling interval at the relay and the symbol interval of the CT received signal would be incommensurate, resulting in asynchronous sampling. Furthermore, to decrease the loss of information associated with sampling the CT received signal at the relay, the sampling interval is typically selected to be shorter than the maximal autocorrelation length of the received CT process, giving rise to a correlated DT sampled process. We also note that in many practical scenarios, communications signals can be (asymptotically) modeled as Gaussian processes. Such scenarios include orthogonal frequency-division multiplexing (OFDM) signals with sufficiently long sequences of symbols [7], and signals received over linear time-invariant (LTI) channels with long memories [8, Sec. III-A]. It thus follows that in many communications scenarios, the DT sampled received signal can be modelled as a DT WSACS Gaussian process with memory.

In this work, we study the rate-distortion characterization for the lossy compression of DT WSACS Gaussian processes with memory. Nonstationarity and nonergodicity of such processes imply that these processes are not informationstable, and thus conventional information-theoretic arguments relying on the asymptotic equipartition property (AEP) (see [9, Ch. 3]) cannot be applied. Instead, we use the informationspectrum framework [10, 11], which supports concepts that facilitate the derivation of the rate-distortion function (RDF) for information-unstable processes. These concepts were successfully applied in the study of the dual problem, of capacity characterization for channels with additive DT WSACS Gaussian noise, in [12] for the memoryless case and in [13] for the case with memory.

The RDF for the lossy compression of DT WSCS Gaussian processes with memory was derived in [14] by applying the decimated component decomposition (DCD) [15, Rep. 1], which transforms a DT WSCS process into an equivalent multi-dimensional DT stationary process. In [16], the RDF for compressing DT memoryless WSACS Gaussian processes was derived, using the information-spectrum framework. To the best of our knowledge, the RDF for compressing DT WSACS

Gaussian processes with memory has not been characterized to date, which is the focus of this work.

Main Contributions: In this work, we derive the RDF for the lossy compression of DT WSACS Gaussian processes with memory, obtained by asynchronously sampling CT WSCS Gaussian source processes using a sampling interval smaller than the maximal autocorrelation length of the CT source process, subject to the mean squared-error (MSE) distortion. Due to the information-instability of the DT WSACS process, the RDF characterization is carried out within the informationspectrum framework. We derive the RDF subject to the assumptions that the initial sampling phase is synchronized at the encoder and at the decoder, while the source emits messages constantly and without delay between subsequent source messages.

Organization: The rest of this work is organized as follows: Sec. II presents a theoretical review of WSCS processes, of synchronous sampling and of asynchronous sampling applied to CT WSCS processes, and of rate-distortion theory; Sec. III formulates the problem and states the model of the source process for sampling and compression; Sec. IV presents the main result of this work as well as a discussion of its implications; Sec. V concludes the work.

II. PRELIMINARY BACKGROUND A. Notations Throughout this work, we denote the sets of real numbers, positive real numbers, rational numbers, integers, non-negative integers and positive integers by R, R^{++}, Q, Z, N , and N^+, respectively. Scalar random variables (RVs) (resp. deterministic values) are denoted with uppercase letters, e.g., X (resp., lowercase letters, e.g., x). Round brackets denote CT random processes and deterministic functions, e.g., X(t), t ∈ R, denotes a CT random process, and x(t), t ∈ R, denotes a CT deterministic function. Square brackets denote DT random processes and deterministic functions, e.g., X[i], i ∈ Z, denotes a DT random process and x[i], i ∈ Z, denotes a DT deterministic function. Matrices are denoted with sans serif uppercase letters, e.g., A, and the element at the i-th row and j-th column of the matrix A is denoted with (A)_{i,j} . Transpose, inverse, rank, range and null-space of a matrix A are denoted by A^T , A^{−1}, rank(A), range(A) and nul(A), respectively. For a k × k square matrix B, det(B) denotes its determinant, tr{B} denotes its trace and B ≽ 0 (resp., B ≻ 0) denotes it is positive semidefinite (resp., positive definite). We denote a k × k identity matrix, a k × l zero matrix and a k × k square zero matrix as I_k, 0_{k×l} and 0_k, respectively. Boldface uppercase (resp., lowercase) letters denote column random (resp., deterministic) vectors, e.g., X (resp., x). When the length of the vector needs to be explicitly stated, it is denoted as X^{(l)} ≡ X (resp., x^{(l)} ≡ x) for random (resp., deterministic) vectors of length l. 0_k represents an all-zero column vector of length k. The autocorrelation matrix of a column random vector X is denoted as C_X. X ∼ N(μ_X, K_X) denotes a real Gaussian random vector with a mean vector μ_X and an autocovariance matrix K_X. E {·} denotes the expectation, Var{·} denotes the variance,^{dist.}= represents equality in distribution, | · | denotes the absolute value, ⌈·⌉ represents the ceiling function, log(·) denotes the base-2 logarithm function, and Pr{·} denotes the probability distribution. The differential entropy of a real RV X and the mutual information of a pair of real RVs X and Y are denoted with h(X) and I(X; Y ), respectively.

B. Wide-Sense Cyclostationary Processes We next briefly review some definitions regarding cyclostationary processes. We begin by recalling the definition of WSCS processes as follows:

Definition 1 (WSCS processes [15, Def. 17.1], [1, Sec. 3.2]). A real-valued CT (resp., DT) random process X(t), t ∈ R (resp., X[i], i ∈ Z) is called WSCS if both its mean m_X (t) (resp., m_X [i]) and its autocorrelation function c_X (t, λ) (resp., c_X [i, Δ]) are periodic in time t (resp., time index i) with some period T_c ∈ R^{++} (resp., N_c ∈ N^+) for any lag λ ∈ R (resp., Δ ∈ Z).

The definition of WSACS processes requires first to recall the definition of DT almost periodic functions, stated below:

Definition 2 (DT almost periodic functions^1 [18, Def. 2.1], [19, Def. 11]). A real-valued DT deterministic function f[i], i ∈ Z, is called almost periodic, if for any ϵ ∈ R^{++}, there exists an associated number l̃_ϵ ∈ N^+ which satisfies that for any β ∈ Z, there exists Δ ∈ [β, β+l̃_ϵ], such that sup_{i∈Z} |f[i+Δ]−f[i]| < ϵ. Lastly, using Def. 2 we present the definition of DT WSACS processes as follows:

Definition 3 (DT WSACS processes [15, Def. 17.2], [1, Sec. 3.2]). A real-valued DT random process X[i], i ∈ Z, is called WSACS if both its mean m_X [i] and its autocorrelation function c_X [i, Δ] are almost periodic in time index i for any lag value Δ ∈ Z.

It is noted that communications signals are often zero-mean in practice [15, Sec. 17.2], and thus the cyclostationarity periods of these signals are determined by the periods of their autocorrelation functions.

C. Discrete-Time Processes Obtained by Sampling Continuous-Time Wide-Sense Cyclostationary Processes In this subsection, we briefly recall the discussion in [12, Sec. II-B] on the statistics of sampled CT WSCS processes.

Consider sampling a CT WSCS process X_c(t) whose cyclostationarity period is T_c, with a sampling interval T_s and a sampling phase ϕ_s ∈ [0, T_c). Let X[i|T_s, ϕ_s] ≜ X_c(i·T_s +ϕ_s) denote the DT sampled process. As noted in Sec. I, the DT process obtained by sampling a CT WSCS process may not be a DT WSCS process. In fact, the statistical characteristics

1There are several different definitions of almost periodic functions. This defined function is almost periodic in the sense of Bohr (see [17]).

of such DT sampled processes are strongly dependent on the value of ϕ_s and the relationship between T_s and T_c. Specifically, when T_s/T_c is a rational number then the sampling is said to be synchronous, and the resulting DT process is WSCS. However, when T_s/T_c is an irrational number then the sampling is said to be asynchronous, and the resulting DT process is WSACS. Such dependence is clearly different from the sampling of CT stationary processes, which always results in DT stationary processes [12, Sec. II-B]. Consequently, the common practice of applying signal processing algorithms designed for stationary signals in processing cyclostationary signals often leads to erroneous results, e.g., incorrect formulas for power spectral densities (PSDs), see [20].

To numerically demonstrate this point (see also [12, Sec. II- B]), let us assume that the process X_c(t) has a variance function given by Var ( X_c(t) ) =^1_3 · sin(^{2πt}_{Tc} ) + 5 and consider three sampling scenarios: For the first sampling scenario, the process X_c(t) is sampled uniformly with T_s =^{Tc}_4 and ϕ_s = 0. The resulting DT sampled process has a variance function given by Var ( X[i] | |^Tc_4 , 0) = Var (X_c(i · T_s 4 ) ) = {5, 5.333, 5, 4.667, 5, 5.333, 5, 4.667, · · ·} for i = 0, 1, 2, 3, 4, 5, 6, 7, · · ·. It can be observed that this sampled variance function is periodic with period of 4, hence the corresponding DT sampled process is WSCS. For the second sampling scenario let the process X_c(t) be sampled uniformly with T_s =^{Tc}_4 and ϕ_s =^π_3 . The resulting DT variance is Var ( X[i] | |^Tc_4 ,^π_3 ) = Var (X_c(i ·^Ts_4 +^π_3 )) = {5.332, 4.975, 4.668, 5.025, 5.332, 4.975, 4.668, 5.025, · · ·} for i = 0, 1, 2, 3, 4, 5, 6, 7, · · ·. It is observed that this DT variance function is also periodic with period of 4, but with different values within each period compared to the first sampling case, due to the different sampling phase. Hence, both DT sampled processes obtained for the two scenarios are DT WSCS processes with a cyclostationarity period of 4, yet the variance functions of these two DT processes are different, namely, these are two different DT WSCS processes. We note that in both sampling scenarios above, T_s/T_c is a rational number, which corresponds to synchronous sampling. For the last scenario, consider T_s =^{Tc}_{4π} and ϕ_s =^π_3 . The variance function of the DT sampled process is Var ( X[i] | |^Tc_{4π} ,^π_3 ) = Var (X_c(i · T_c 4π +^π_3 ) ) = {5.167, 5.285, 5.333, 5.300, 5.193, 5.039, 4.876, 4.743, · · · }, for i = 0, 1, 2, 3, 4, 5, 6, 7, · · ·. This DT variance function is not periodic but is almost periodic, hence, the corresponding DT sampled process is WSACS. We note that in this case the ratio T_s/T_c is irrational, which corresponds to asynchronous sampling. These sampling cases demonstrate that both the sampling interval and the sampling phase strongly impact the statistical characteristics of DT processes obtained by sampling CT WSCS processes and therefore necessarily affect the RDF characterization of such DT processes.

D. The Rate-Distortion Function

In the following, we review several relevant definitions and notions related to RDFs, beginning with the definition of a lossy source code:

Definition 4 (Lossy source codes [9, Sec. 10.2], [21, Sec. 3.6]). A lossy source code (M, l) with a message set of size M and a blocklength of l consists of:

• an encoder f_l(·) that maps a sequence of l source symbols {x_i}^{l−1}_{i=0} ≡ x^l, over corresponding alphabets {X_i}^{l−1}_{i=0} ≡ X^l, into an index selected from a message set containing M indices, f_l(·) : X^l → {1, 2, . . . , M}, • a decoder g_l(·) that assigns a sequence of l reconstruction symbols {x̂_i}^{l−1}_{i=0} ≡ x̂^l, over corresponding alphabets {X̂_i}^{l−1}_{i=0} ≡ X̂^l, to each received message index, g_l(·) : {1, 2, . . . , M} → X̂^l, where the set { g_l(i) }_M i=1, which corresponds to {^ X^l(i) }_M i=1, constitutes the codebook and {f^{−1}_n (i)}^M_{i=1} are the associated assignment regions [9, Sec. 10.2]. The code rate of such a code is defined as R ≜^1_l log M.

In lossy source coding, the error between a sequence of source symbols and the corresponding sequence of reconstruction symbols is characterized using a distortion function d(·, ·), which is defined on a symbol-by-symbol basis and maps each pair of the source symbol alphabet X and its corresponding reconstruction symbol alphabet X̂ into the set of non-negative real numbers [9, Sec. 10.2], [21, Sec. 3.6], i.e., d(·, ·) : X × X̂ → R^+. Then, the distortion function for a sequence of source symbols and its corresponding sequence of reconstruction symbols is the arithmetic mean of the persymbol distortion values: d(x^l, x̂^l) ≜ 1 l l−1∑ i=0 d ( x[i], x̂[i] ) . A commonly used distortion function for compressing continuous sources is the squared-error distortion function, which is defined as d_{se}(x, x̂) ≜ (x − x̂)^2. We say a rate-distortion pair (R, D) is achievable, if it satisfies the following definition:

Definition 5 (Achievable rate-distortion pairs [9, Sec. 10.2], [21, Sec. 3.6]). The rate-distortion pair (R, D) is said to be achievable if there exists a sequence of lossy source codes (2^{lR}, l) for which

lim sup l→∞ E { d ( X^l, g_l ( f_l(X^l) ))} ≤ D.

Finally, the RDF, denoted as R(D), is defined as follows:

Definition 6 (RDF [22, Sec. IV-A], [9, Sec. 10.2], [21, Sec. 3.6]). The RDF R(D) is the infimum of all code rates R for which the rate-distortion pair (R, D) is achievable, for a given average distortion constraint D.

III. PROBLEM FORMULATION AND MODEL

We consider a real-valued CT WSCS Gaussian source process X_c(t), with an autocorrelation function c_{Xc} (t, λ) ≜ E {X_c(t) · X_c(t + λ)}, where λ is the lag. The function c_{Xc} (t, λ) is assumed to be bounded and uniformly continuous in both t and λ, and is periodic in t with period T_c ∈ R^{++}, i.e., c_{Xc} (t, λ) = c_{Xc} (t + T_c, λ), ∀t, λ ∈ R. It is also assumed that X_c(t) is a finite-memory process, in the sense that it has a finite maximal autocorrelation length λ_c ∈ R^{++}, i.e., c_{Xc} (t, λ) = 0, ∀|λ| > λ_c.

The CT source process X_c(t) is sampled uniformly with a sampling interval T_s(ϵ) =^{Tc}_{p+ϵ} , where p ∈ N^+ and ϵ ∈ [0, 1) represents the synchronization mismatch in the sampling interval. The resulting DT sampled source process is denoted by X^{ϕs}_ϵ [i] = X_c ( i · T_s(ϵ) + ϕ_s ) , where ϕ_s ∈ [0, T_c) denotes the sampling phase. Since in this work we assume that the sampling interval T_s(ϵ) is smaller than the maximal autocorrelation length λ_c of the CT source process, the resulting DT sampled source process X^{ϕs}_ϵ [i] has memory. The autocorrelation function for X^{ϕs}_ϵ [i], c_X ϕs_ϵ [i, Δ], at time index i and lag Δ, is given as (see also [13, Sec. III-A]) c_X ϕs_ϵ [i, Δ] ≜ E {X^{ϕs}_ϵ [i] · X^{ϕs}_ϵ [i + Δ]} = E { X_c ( i · T_s(ϵ) + ϕ_s ) · X_c ( (i + Δ) · T_s(ϵ) + ϕ_s )} = c_{Xc} ( i · T_c p + ϵ + ϕ_s, Δ · T_c p + ϵ ) . (1)

Due to the maximal autocorrelation length λ_c of the CT source process X_c(t), we have c^{ϕs}_{Xϵ} [i, Δ] = 0, ∀|Δ| ≥ ⌈_{(p+1)·λc} T_c ⌉ ≜ τ_c < ∞, which means that X^{ϕs}_ϵ [i] is also a finite-memory process.

As discussed above, the ratio between T_s(ϵ) and T_c determines the statistics of the DT process obtained by sampling a CT WSCS process: when ϵ ∈ Q, i.e., ∃u, v ∈ N^+, s.t. ϵ =^u_v , the sampled process is a DT WSCS process with a cyclostationarity period of N_c = p·v+u ≜ p_{u,v} [12, Sec. II-C], which corresponds to synchronous sampling. However, when ϵ /∈ Q, namely ϵ cannot be expressed as a ratio of two positive integers, the resulting DT sampled process is a DT WSACS process, which corresponds to asynchronous sampling.

In our scenario, the distortion between the DT sampled source process and its reconstructed sequence at the receiver is measured via the MSE distortion function. Set the blocklength to l and consider a sequence of source symbols {X^{ϕs}_ϵ [i]}^{l−1}_{i−0} with its corresponding sequence of reconstruction symbols {X̂^{ϕs}_ϵ [i]}^{l−1}_{i−0}. Let S^{ϕs}_{ϵ,l} ≜ X^{ϕs}_{ϵ,l} − X̂^{ϕs}_{ϵ,l} , where S^{ϕs}_{ϵ,l} ≡ {S^{ϕs}_ϵ [i]}^{l−1}_{i−0}. Using these definitions, the distortion constraint can be expressed as

E { d_{se} ( {X^{ϕs}_ϵ [i]}^{l−1}_{i−0}, {X̂^{ϕs}_ϵ [i]}^{l−1}_{i−0} )}

= 1 l · E {_{l−1}∑ i=0 ( X^{ϕs}_ϵ [i] − X̂^{ϕs}_ϵ [i] )_2 }

= 1 l · tr { E {( X^{ϕs}_{ϵ,l} − X̂^{ϕs}_{ϵ,l} ) · ( X^{ϕs}_{ϵ,l} − X̂^{ϕs}_{ϵ,l} )_T }} = 1 l · tr { E { S^{ϕs}_{ϵ,l} · (S^{ϕs}_{ϵ,l} )^T }} = 1 l · tr { C_Sϕs_{ϵ,l} } . (2)

Next, we recall the definition of the limit superior in probability for a sequence of real RVs:

Definition 7 (Limit superior in probability [11, Def. 1.3.1]). For a sequence of real RVs X_i, i ∈ N , its limit superior in probability is given as: p- lim sup i→∞ X_i ≜ inf { α ∈ R | lim_{i→∞} Pr{X_i > α} = 0 } ≜ α_0. From this definition it follows that ∀α < α_0 ∃μ ∈ R^{++}, s.t. there are countably many indices i ∈ N for which Pr{X_i > α} > μ. Lastly, we present an auxiliary result on the distribution of quadratic Gaussian forms:

Lemma 1. Consider a sequence of l × 1 random vectors {X^{(l)}}_{l∈N} + where X^{(l)} ∼ N ( 0_l, C_X (l) ) , s.t. ( C_X (l) ) k,k ≤ β < ∞, ∀0 ≤ k ≤ l−1, ∀l ∈ N^+. Then W_l ≜^1_l ( X^{(l)} )_T ·X^{(l)} is uniformly integrable.

Proof: The proof is detailed in Appendix A.

IV. MAIN THEOREM AND DISCUSSION As detailed in Sec. II-C, the statistical properties of sampled CT WSCS processes are determined by both the sampling interval and the sampling phase. Therefore, both factors should be accounted for in the rate-distortion characterization. We assume that T_c and T_s(ϵ) are known at both the source and the destination. In our analysis we also assume sampling phase synchronization between the encoder and the decoder w.r.t the period of the correlation, in the sense that when compressing each source message, both the encoder and the decoder know the sampling phase within T_c. This facilitates adapting the statistics of the source code according to the sampling phase to minimize the achievable code rate in real time. Note that such synchronization needs to be carried out only once, as T_c and T_s(ϵ) are known at both the source and the destination. This knowledge enables the destination to independently keep track of the sampling phase after initial synchronization. Assuming the source generates messages continuously and without delay between subsequent messages, the rate-distortion function for this scenario is characterized as follows:

Theorem 1. Consider a DT WSACS Gaussian process with memory, X^{ϕs}_ϵ [i], obtained by uniformly sampling a CT zeromean WSCS Gaussian source process X_c(t) whose correlation function c_{Xc} (t, λ) is periodic with period T_c ∈ R^{++}, has maximal autocorrelation length of λ_c ∈ R^{++}, and a bounded variance, c_{Xc} (t, 0) < β < ∞, ∀t ∈ R. Let the sampling interval be T_s(ϵ) =^{Tc}_{p+ϵ} ≤ λ_c, ϵ ∈ [0, 1), ϵ /∈ Q, and the

initial sampling phase ϕ_s ∈ [0, T_c). Let C_Sϕs_{ϵ,l} ≜ { C_Sϕs_{ϵ,l} ∈ R^{l×l} :^1_l tr { C_Sϕs_{ϵ,l} } ≤ D, C_Xϕs_{ϵ,l} ⪰ C_Sϕs_{ϵ,l} , C_Sϕs_{ϵ,l} ≻ 0, C_Sϕs_{ϵ,l} = (C_Sϕs_{ϵ,l} )^T } . If the initial sampling time w.r.t. T_c is synchronized between the encoder and the decoder, then, for a given average distortion constraint D, the RDF R_ϵ(D) is given as follows:

R_ϵ(D) = 1 T_c ∫_{Tc} ϕ_s=0

R^{ϕs}_ϵ (D)dϕ_s (3)

where

R^{ϕs}_ϵ (D) ≜ lim sup_{l→∞} min_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) , (4)

which is achieved by S^{ϕs}_{ϵ,l} ∼ N ( 0_l, C_Sϕs_{ϵ,l} ) . Proof: The proof is detailed in Appendix B.

Corollary 1. If in the scenario in Thm. 1, the code rate has to be fixed, for a given average distortion constraint D, the RDF R_ϵ(D) is given as

R_ϵ(D) = max ϕ_s∈[0,T_c) R^{ϕs}_ϵ (D), (5)

where R^{ϕs}_ϵ (D) is given in Eqn. (4).

A. Discussion Remark 1 (A note on the use of a limit in Thm. 1 and in Corollary 1). For ϵ /∈ Q, it is possible to intuitively view the correlation function of the DT process obtained by sampling as exhibiting all values of the CT correlation function, given an asymptotically long sequence of samples. This follows because the DT correlation function never repeats itself. For this reason, the RDF characterization has to be stated as a limiting expression in the blocklength. We note that while the expression contains a limit, still, our derivation obtains a computable expression for each blocklength l.

From the above intuition it follows that when sampling is asynchronous, the initial sampling phase ϕ_s should not affect the performance at asymptotically long blocks. In other words, we conjecture that

R^{ϕs}_ϵ (D) = R^0_ϵ (D).

Proving this conjecture is a task we plan to include in our future work.

Remark 2 (When sampling is synchronous). When ϵ ∈ Q, the sampled DT process is WSCS. This DT process can be equivalently represented as a multivariate stationary process, thus, RDF characterization can be obtained without taking the limit in l, see [14]. Then, if ϕ_s cannot be selected, the rate is determined by the initial phase at the beginning of transmission, R^{sync}_ϵ (D) = R^{ϕs}_ϵ (D). Alternatively, if ϕ_s can be selected for the initial transmission, then the RDF can be characterized via the sampling phase ϕ_s which minimizes the rate, i.e. the rate is fixed and equal to R^{sync}_ϵ (D) = min_{ϕs∈[0,Tc)} R^{ϕs}_ϵ (D). Note that in both RDFs above, the limit in l at R^{ϕs}_ϵ (D) can be evaluated using a finite computation, see [14].

Remark 3 (The relationship with the dual problem). The restriction c_{Xc} (t, 0) < β < ∞ is required to guarantee that the distortion, w.r.t. a reference reconstruction word x̂^{(l)} = 0_l is uniformly integrable, see [11, Eqn. (5.3.4)]. This, in turn, is required by the achievability argument in the proof of Thm. 1, which applies [11, Thm. 5.5.1] to conclude that the limit-superior in probability is indeed a lower bound on the code rate subject to an average distortion constraint. This restriction highlights a fundamental difference between the current work and the study of the dual problem, of the capacity of DT communications channels with additive WSACS Gaussian noise with memory, considered in [13, Thm. 1]. In the dual problem, there is no statement in the literature of the capacity for general non-information-stable channels subject to an average power constraint, but rather only subject to a per-codeword constraint^2. Then, in order to meet the upper bound in [13, Thm. 1], it was assumed that the input process {X_{in}[i]}^{l−1}_{i=0} ≡ X_{in,l} has to satisfy both the standard trace constraint at every l ∈ N^+,^1_l · tr{C_{Xin,l} } ≤ P , as well as an additional asymptotic constraint lim_{l→∞}^1_{l2} · tr{(C_{Xin,l} )^2} = 0, and subsequently [11, Thm. 3.6.1] was used. The fact that for the source coding problem there exists a characterization for the RDF subject to an average distortion constraint, but with the additional requirement of uniform integrability, shows that these two dual problems are inherently different.

V. CONCLUSION

In this work, we have derived the rate-distortion function for the lossy compression of DT WSACS Gaussian processes with memory, obtained via asynchronously sampling CT WSCS Gaussian source processes with a sampling interval shorther than the maximal autocorrelation length of the CT source process. This problem models the compression of communications signals, e.g., for relaying or for storage. We first explained that when sampling a CT WSCS process, synchronous sampling results in a DT WSCS process while asynchronous sampling results in a DT WSACS process. In

2The given per-codeword power constraint P on a sequence of channel input symbols {x_u[i]}^l_{i=0} with a blocklength of l is expressed as 1 l l−1∑ i=0 (x_u[i])^2 ≤ P, u ∈ U, where u and U are the index and the set of messages, respectively. See [13, Eqn. (6)].

the latter case, the resulting process is non-stationary and noninformation-stable, and therefore conventional informationtheoretic arguments commonly employed in the characterization of RDFs are typically inapplicable. This necessitates carrying out the analysis within the information-spectrum framework. Subsequently we derived the RDF for lossy compression of DT WSACS random Gaussian processes, assuming initial sampling phase synchronization between the source and the destination and that subsequent sequences are compressed without delay. The relationship with synchronous sampling, as well as the difference between this result and the dual problem studied in [13, Thm. 1] were addressed in the discussion. Interesting problems for future work include analysis of the case where delay between codewords is allowed, and the proof of conjecture which facilitates fixing the sampling phase in the Thm. 1 and in Corollary 1.

APPENDIX A PROOF OF LEMMA 1

As derived in [13, Proof of Lemma A.1], we can write W_l =^1_l

∑rank{C_{X(l)} }−1 k=0 λ^{(k)}_{X (l)} Γ^2_k, where Γ^2_k ∼ χ^2(1) are independent and identically distributed (i.i.d.) central chisquare RVs with a single degree-of-freedom, and λ^{(k)}_{X (l)} , k = 0, 1, 2, ..., rank{C_X (l) } − 1, are the non-zero eigenvalues of C_X (l) , thus λ^{(k)}_{X (l)} ∈ R^{++}. Note that W_l ≥ 0. We now obtain E {W_l} =^1_l

∑rank{C_{X(l)} }−1 k=0 λ^{(k)}_{X (l)} E {Γ^2_k} = 1 l ∑rank{C_{X(l)} }−1 k=0 λ^{(k)}_{X (l)} =^1_l tr{C_X (l) } ≤ β, and

E {|W_l|^2} = Var { W_l } + ( E {W_l} )_2

= 1 l^2

rank{C_{X(l)} }−1 ∑ k=0 ( λ^{(k)}_{X (l)}

)_2

Var{Γ^2_k} + ( 1 l tr{C_X (l) }

)_2

= 2 l^2

rank{C_{X(l)} }−1 ∑ k=0 ( λ^{(k)}_{X (l)}

)_2 + ( 1 l tr{C_X (l) }

)_2

(a) ≤ 2 · 1 l rank{C_{X(l)} }−1 ∑ k=0 λ^{(k)}_{X (l)} 2 + ( 1 l tr{C_X (l) }

)_2

≤ 3 · β^2 < ∞, where (a) follows as λ^{(k)}_{X (l)} > 0. It therefore follows that sup_{l∈N +} E {| W_l | |^2} < ∞, hence, by [23, Eqn. (3.18)],^1_l (X (l))^T ·

X^{(l)}, l ∈ N^+, defined in the lemma, is uniformly integrable.

APPENDIX B PROOF OF THM. 1 We start with the converse part. First, consider the following lemma, which states the converse for a given sampling phase:

Lemma B.1 (Converse for a given sampling phase ϕ_s). Consider the scenario in Thm. 1, when the sampling phase of every source message, ϕ_s ∈ [0, T_c), is fixed and given; then, for a given average distortion constraint D, the RDF R^{ϕs}_ϵ (D) satisfies

R^{ϕs}_ϵ (D) ≥ lim sup_{l→∞} inf_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) . Proof: We show that for any sequence of lossy source codes (M(l, D), l, D) asymptotically satisfying the average distortion constraint D, the code rate R(l, D) =^1_l log M(l, D) satisfies

lim sup l→∞ R(l, D) ≥ lim sup_{l→∞} inf_{p(X̂ϕs} ϵ,l |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤D 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ).

Consider a sequence of lossy source codes (M̃(l, D), l, D) defined by an encoder f̃_l(·) and a decoder g̃_l(·), such that for asymptotically long blocklengths l, the given average distortion constraint D is satisfied, namely,

lim sup l→∞ E {d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} ≤ D, (B.1) where ^̃X^{ϕs}_{ϵ,l} = g̃_l (~ f_l(X^{ϕs}_{ϵ,l} ) ) . Let E {d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} be the distortion achieved by the encode-decoder pair. Applying [24, Thm. 2.8] we obtain that for a finite fixed blocklength l it holds that

log M̃(l, D) ≥ inf_{p(X̂ϕs} ϵ,l |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤E{d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ).

Equivalently, the code rate R̃(l, D) for code (M̃(l, D), l, D) satisfies R̃(l, D) ≥ inf p(X̂^{ϕs}_{ϵ,l} |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤E{d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ).

As the inequality holds for every l, then taking limit superior w.r.t. the blocklength l we obtain

lim sup l→∞ R̃(l, D) ≥ lim sup l→∞ inf p(X̂^{ϕs}_{ϵ,l} |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤E{d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ). (B.2)

By [25, Thm. 4.1.9.(a)], for any δ ∈ R^{++}, there exists an associated blocklength l^1_δ ∈ N^+, s.t. for any blocklength l ≥ l^1_δ : E {d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} < lim sup_{l→∞} E {d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} + δ (a) ≤ D + δ, where (a) follows from Eqn. (B.1). Therefore, when δ → 0 and the blocklength l is sufficiently large, we asymptotically obtain E {d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} ≤ D. (B.3)

When substituting Eqn. (B.3) back into Eqn. (B.2), the average distortion constraint for minimizing the objective function 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ) is relaxed, thus, the infimum of the objective function^1_l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ) under this looser constraint is not larger than the original infimum, i.e.,

lim sup l→∞ R̃(l, D) ≥ lim sup l→∞ inf p(X̂^{ϕs}_{ϵ,l} |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤E{d_{se}(X^{ϕs}_{ϵ,l} , ^̃X^{ϕs}_{ϵ,l} )} 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} )

≥ lim sup l→∞ inf p(X̂^{ϕs}_{ϵ,l} |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤D 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ).

As this holds for any sequence of codes asymptotically satisfying the average distortion constraint D, it holds also for the sequence of codes with the asymptotic rate, which is the RDF R^{ϕs}_ϵ (D), and thus we obtain

R^{ϕs}_ϵ (D) ≥ lim sup_{l→∞} inf_{p(X̂ϕs} ϵ,l |X^{ϕs}_{ϵ,l} ): E{d_{se}(X^{ϕs}_{ϵ,l} ,X̂^{ϕs}_{ϵ,l} )}≤D 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ). (B.4)

Next, we show that the vector X̂^{ϕs}_{ϵ,l} that attains the infimum in (B.4) for a fixed l is Gaussian. We denote the optimal sequence of reconstruction symbols as X̂^{ϕs,∗}_{ϵ,l} and define S^{ϕs,∗}_{ϵ,l} ≜ X^{ϕs}_{ϵ,l} − X̂^{ϕs,∗}_{ϵ,l} . The objective function^1_l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ) is lower bounded as follows: 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs}_{ϵ,l} ) = 1 l h(X^{ϕs}_{ϵ,l} ) − 1 l h(X^{ϕs}_{ϵ,l} |X̂^{ϕs}_{ϵ,l} ) = 1 l h(X^{ϕs}_{ϵ,l} ) − 1 l h(X^{ϕs}_{ϵ,l} − X̂^{ϕs}_{ϵ,l} |X̂^{ϕs}_{ϵ,l} ) (a) ≥ 1 l h(X^{ϕs}_{ϵ,l} ) − 1 l h(X^{ϕs}_{ϵ,l} − X̂^{ϕs}_{ϵ,l} ) = 1 l h(X^{ϕs}_{ϵ,l} ) − 1 l h(S^{ϕs}_{ϵ,l} ) (b) ≥ 1 l h(X^{ϕs}_{ϵ,l} ) − 1 l h ( N(0_l, C_Sϕs_{ϵ,l} ) )

= 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) (B.5a) = 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ), (B.5b) where (a) follows as conditioning reduces differential entropy [9, Ch. 8.6]; and (b) follows from [9, Thm. 8.6.5]. Hence, the vector S^{ϕs}_{ϵ,l}^3 that minimizes the objective, S^{ϕs,∗}_{ϵ,l} is a Gaussian vector that is independent of X̂^{ϕs}_{ϵ,l} . As X̂^{ϕs,∗}_{ϵ,l} = X^{ϕs}_{ϵ,l} − S^{ϕs,∗}_{ϵ,l} , where X^{ϕs}_{ϵ,l} and S^{ϕs,∗}_{ϵ,l} are both Gaussian vectors, X̂^{ϕs}_{ϵ,l} must also be a Gaussian vector [26, Rmk. 4.5.2]. Moreover, as X̂^{ϕs}_{ϵ,l} and S^{ϕs,∗}_{ϵ,l} are mutually independent RVs then C_Xϕs_{ϵ,l} = C_{X̂}ϕs_{ϵ,l} +

3Here we note that as C_Xϕ_{sϵ,l} ≻ 0 then also C_Sϕ_{sϵ,l} ≻ 0, as otherwise the rate is infinite, while a finite rate is readily achievable, e.g., by fixing all the diagonal elements of C_Sϕ_{sϵ,l} to D.

C_Sϕs_{ϵ,l} , where all matrices are positive semidefinite. Hence, it must also hold that C_Xϕs_{ϵ,l} ⪰ C_Sϕs_{ϵ,l} and therefore C_Sϕs_{ϵ,l} ∈ C_Sϕs_{ϵ,l} .

It follows that the lower bound in Lemma B.1 can be explicitly stated as

R^{ϕs}_ϵ (D) ≥ lim sup_{l→∞} inf_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) , which completes the proof of the lemma.

It is emphasized since C_Xϕs_{ϵ,l} ⪰ C_Sϕs_{ϵ,l} holds, it follows that log (_{det(CXϕsϵ,l )} det(C_{Sϕsϵ,l} ) ) ≥ 0. Next, we proceed to the proof of the achievability part, stated below:

Lemma B.2 (Achievability for a given sampling phase ϕ_s). For the scenario in Thm. 1, when the sampling phase of every source message, ϕ_s ∈ [0, T_c), is fixed and given, we have that, for a given average distortion constraint D, the RDF R^{ϕs}_ϵ (D) satisfies

R^{ϕs}_ϵ (D) ≤ lim sup_{l→∞} inf_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) .

Proof: Let F^{ϕs,l}_{Xϵ ,X̂ ∗ϵ} denote the joint cumulative distribution function (CDF) of the vector X^{ϕs}_{ϵ,l} and the (Gaussian) vector X̂^{ϕs,∗}_{ϵ,l} such that X^{ϕs}_{ϵ,l} = X̂^{ϕs,∗}_{ϵ,l} + S^{ϕs,∗}_{ϵ,l} , where S^{ϕs,∗}_{ϵ,l} is a Gaussian vector independent of X̂^{ϕs,∗}_{ϵ,l} , which minimizes (B.5a) subject to^1_l tr { C_Sϕs_{ϵ,l} } ≤ D and to C_Xϕs_{ϵ,l} ⪰ C_Sϕs_{ϵ,l} (i.e., C_Sϕs_{ϵ,l} ∈ C_Sϕs_{ϵ,l} ). Let Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) denote the mutual information density rate (see [27, Eqn. (1.5)] and [11, Def. 3.2.1]) between X^{ϕs}_{ϵ,l} and X̂^{ϕs,∗}_{ϵ,l} :

Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) ≜ 1 l log ( p_{X ϕsϵ,l |X̂ ϕs,∗ϵ,l} (X^ϕs_{ϵ,l} |X̂^ϕs^{,∗}_{ϵ,l} ) p_X ϕs_{ϵ,l} (X^{ϕs}_{ϵ,l} ) ) .

The mutual information density V^{ϕs}_{ϵ,l} ≜ l · Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) can be expressed as

V^{ϕs}_{ϵ,l} = log ( p_X ϕ_{sϵ,l |X̂} ϕ_s,∗_{ϵ,l} (X^{ϕs}_{ϵ,l} |X̂^{ϕs ,∗}_{ϵ,l} ) p_X ϕs_{ϵ,l} (X^{ϕs}_{ϵ,l} ) )

(a) dist.= log (p S^{ϕs,∗} ϵ,l (S^{ϕs,∗}_{ϵ,l} ) ) − log ( p_X ϕs_{ϵ,l} (X^{ϕs}_{ϵ,l} ) ) (b) = 1 2 log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs,∗_{ϵ,l} ) )

+ 1 2 log (e) ( (X^{ϕs}_{ϵ,l} )^T (C_Xϕs_{ϵ,l} )^{−1}X^{ϕs}_{ϵ,l} ) − 1 2 log (e) ( (S^{ϕs ,∗}_{ϵ,l} )^T (C_Sϕs,∗_{ϵ,l} )^{−1}S^{ϕs,∗}_{ϵ,l} ) , where (a) follows from the statistical independence of the vectors S^{ϕs,∗}_{ϵ,l} and X̂^{ϕs,∗}_{ϵ,l} (see [9, Sec. 10.3.2]); and (b) follows from the Gaussianity of the vectors X^{ϕs}_{ϵ,l} and S^{ϕs,∗}_{ϵ,l} . Next,

define the RV Ṽ^{ϕs}_{ϵ,l} such that V^{ϕs}_{ϵ,l} =^1_2 log

(_{det(CXϕs} ϵ,l ) det(C_{Sϕs,∗ϵ,l} ) ) + 1 2 log(e) · Ṽ^{ϕs}_{ϵ,l} : Ṽ^{ϕs}_{ϵ,l} ≜ (X^{ϕs}_{ϵ,l} )^T (C_{Xϕsϵ,l} )^{−1}X^{ϕs}_{ϵ,l} − (S^{ϕs,∗}_{ϵ,l} )^T (C_{Sϕs,∗ϵ,l} )^{−1}S^{ϕs,∗}_{ϵ,l}

= [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ]_T · [ (C_Xϕs_{ϵ,l} )^{−1} 0_l 0_l −(C_Sϕs_{ϵ,l} )^{−1} ] · [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ] .

We also define the matrix C̃^{ϕs}_{ϵ,l} as follows: C̃^{ϕs}_{ϵ,l} ≜ [ (C_Xϕs_{ϵ,l} )^{−1} 0_l

0_l −(C_Sϕs_{ϵ,l} )^{−1} ] ,

and write Ṽ^{ϕs}_{ϵ,l} = [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ]_T C̃^{ϕs}_{ϵ,l} [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ] . Next consider the autocorrelation matrix C_Xϕs_{ϵ,l ,S}ϕs,∗_{ϵ,l} ≜ E { [ (X^{ϕs}_{ϵ,l} )^T (S^{ϕs ,∗}_{ϵ,l} )^T ]_T · [ (X^{ϕs}_{ϵ,l} )^T (S^{ϕs,∗}_{ϵ,l} )^T ] } = [ C_Xϕs_{ϵ,l} C_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} C_Sϕs,∗_{ϵ,l X}ϕs_{ϵ,l} C_Sϕs,∗_{ϵ,l} ] , where C_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} ≜ E {X^{ϕs}_{ϵ,l} · (S^{ϕs ,∗}_{ϵ,l} )^T } and C_Sϕs,∗_{ϵ,l X}ϕs_{ϵ,l} ≜ E {S^{ϕs,∗}_{ϵ,l} · (X^{ϕs}_{ϵ,l} )^T }. As C_Xϕs_{ϵ,l ,S}ϕs,∗_{ϵ,l} may not be full-rank, let us denote rank(C_Xϕs_{ϵ,l ,S}ϕs,∗_{ϵ,l} ) = 2l − l̃_{ϵ,l}, l̃_{ϵ,l} ∈ N . To separate the degenerate elements and the non-degenerate elements in the vector [ (X^{ϕs}_{ϵ,l} )^T (S^{ϕs,∗}_{ϵ,l} )^T ]_T , the matrix C_Xϕs_{ϵ,l ,S}ϕs,∗_{ϵ,l} can be decomposed as [28, Eqn. (10)] C_Xϕs_{ϵ,l ,S}ϕs,∗_{ϵ,l} = [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]

· [ C̃_{Xϕsϵ,l Sϕs,∗ϵ,l} 0_{(2l−l̃ϵ,l )×l̃ϵ,l} 0_{l̃ϵ,l ×(2l−l̃ϵ,l )} 0_{l̃ϵ,l ×l̃ϵ,l} ] [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]_T , (B.6)

where the (2l − l̃_{ϵ,l}) × (2l − l̃_{ϵ,l}) square matrix C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} is a diagonal matrix having 2l − l̃_{ϵ,l} non-zero eigenvalues and is thus symmetric and positive definite, the columns of the 2l × (2l − l̃_{ϵ,l}) matrix P^{ϕs,R}_{ϵ,l} form an orthonormal basis of range(C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} ), the columns of the 2l × l̃_{ϵ,l} matrix P^{ϕs,N}_{ϵ,l} form an orthonormal basis of nul(C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} ), and the 2l × 2l square matrix [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ] is orthogonal. From Eqn. (B.6), we obtain [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]_T [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ] dist.= [ B^{ϕs}_{ϵ,2l−l̃ϵ,l} 0_{l̃ϵ,l ×1} ] , (B.7)

where B^{ϕs}_{ϵ,2l−l̃ϵ,l} ∼ N ( 0_{2l−l̃ϵ,l} , C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} ) . (B.8)

Using Eqns. (B.7) and (B.8) we obtain Ṽ^{ϕs}_{ϵ,l} = [ X^{ϕs}_{ϵ,l} S^{ϕs,∗}_{ϵ,l} ]_T · [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ] [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]_T

· C̃^{ϕs}_{ϵ,l} · [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ] [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]_T · [ X^{ϕs}_{ϵ,l} X̂^{ϕs,∗}_{ϵ,l} ]

dist.= (Bϕ_s ϵ,2l−l̃_{ϵ,l} ) T · (P^{ϕs ,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} · B^{ϕs}_{ϵ,2l−l̃ϵ,l} , (B.9)

where the matrix (P^{ϕs,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} is full-rank, as both P^{ϕs,R}_{ϵ,l} and C̃^{ϕs}_{ϵ,l} are full-rank matrices. Since the matrix C̃_{Xϕsϵ,l Sϕs,∗ϵ,l} is symmetric and positive definite, there exists a unique (2l−l̃_{ϵ,l})×(2l−l̃_{ϵ,l}) square symmetric positive definite matrix R^{ϕs}_{ϵ,l} that satisfies C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} = (R^{ϕs}_{ϵ,l} )^2 [29, Sec. 1.1], [30, Thm. 7.2.6.(a)]. Using R^{ϕs}_{ϵ,l} we can express Eqn. (B.9) as Ṽ^{ϕs}_{ϵ,l}^{dist.}= (B^{ϕs}_{ϵ,2l−l̃ϵ,l} )^T · (R^{ϕs}_{ϵ,l} )^{−1} · R^{ϕs}_{ϵ,l} · (P^{ϕs,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} · R^{ϕs}_{ϵ,l} · (R^{ϕs}_{ϵ,l} )^{−1} · B^{ϕs}_{ϵ,2l−l̃ϵ,l} . (B.10) As both R^{ϕs}_{ϵ,l} and (P^{ϕs,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} are full-rank matrices, the (2l − l̃_{ϵ,l}) × (2l − l̃_{ϵ,l}) square matrix R^{ϕs}_{ϵ,l} · (P^{ϕs ,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} · R^{ϕs}_{ϵ,l} is also full-rank and thus has 2l − l̃_{ϵ,l} non-zero eigenvalues. Due to its symmetry, by the spectral decomposition [31, Sec. 3.8.10.2] we can write C̃ϕ_{sϵ,l} ≜ Rϕ_{sϵ,l} · (Pϕ_s,R_{ϵ,l} )T · C̃ϕ_{sϵ,l} · Pϕ_s,R_{ϵ,l} · Rϕ_{sϵ,l} (B.11a) = U^{ϕs}_{ϵ,l} · Λ^{ϕs}_{ϵ,l} · (U^{ϕs}_{ϵ,l} )^T , (B.11b)

where the columns of the orthogonal matrix U^{ϕs}_{ϵ,l} are the normalized eigenvectors of the matrix C̃^{ϕs}_{ϵ,l} and the diagonal elements of the diagonal matrix Λ^{ϕs}_{ϵ,l} are the corresponding eigenvalues of the matrix C̃^{ϕs}_{ϵ,l} .

Next, define the RV Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} as follows: Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} ≜ (R^{ϕs}_{ϵ,l} )^{−1} ·B^{ϕs}_{ϵ,2l−l̃ϵ,l} ∼ N(0_{2l−l̃ϵ,l} , I_{2l−l̃ϵ,l} ), (B.12) where the distribution of Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} follows from Eqn. (B.8), and finally define a vector Γ̃^{ϕs}_{ϵ,2l−l̃ϵ,l} : Γ̃^{ϕs}_{ϵ,2l−l̃ϵ,l} ≜ (U^{ϕs}_{ϵ,l} )^T · Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} ∼ N(0_{2l−l̃ϵ,l} , I_{2l−l̃ϵ,l} ). (B.13) Applying (B.11), (B.12) and (B.13) to Eqn. (B.10), we obtain Ṽ^{ϕs}_{ϵ,l}^{dist.}= ((Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} )^T · U^{ϕs}_{ϵ,l} ) · Λ^{ϕs}_{ϵ,l} · ((U^{ϕs}_{ϵ,l} )^T · Γ^{ϕs}_{ϵ,2l−l̃ϵ,l} ) dist.= (Γ̃ϕ_s ϵ,2l−l̃_{ϵ,l} ) T · Λ^{ϕs}_{ϵ,l} · Γ̃^{ϕs}_{ϵ,2l−l̃ϵ,l} = 2l−l̃_{ϵ,l} −1 ∑ i=0 λ^{ϕs}_{ϵ,i} · (γ̃^{ϕs}_{ϵ,i} )^2, where λ^{ϕs}_{ϵ,i} ≠ 0, 0 ≤ i ≤ 2l −l̃_{ϵ,l} − 1, denotes the i-th diagonal element of the diagonal matrix Λ^{ϕs}_{ϵ,l} and the RV γ̃^{ϕs}_{ϵ,i} , 0 ≤ i ≤

E {Ṽ^{ϕs}_{ϵ,l} } = E { 2l−^~l_{ϵ,l} −1 ∑ i=0 λ^{ϕs}_{ϵ,i} · (γ̃^{ϕs}_{ϵ,i} )^2 }

(a) = 2l−l̃_{ϵ,l}−1 ∑ i=0 λ^{ϕs}_{ϵ,i} (b) = tr{R^{ϕs}_{ϵ,l} · (P^{ϕs,R}_{ϵ,l} )^T · C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} · R^{ϕs}_{ϵ,l}} = tr{C̃^{ϕs}_{ϵ,l} · P^{ϕs,R}_{ϵ,l} · (R^{ϕs}_{ϵ,l} )^2 · (P^{ϕs ,R}_{ϵ,l} )^T } = tr {~ C^{ϕs}_{ϵ,l} · ( P^{ϕs,R}_{ϵ,l} · C̃_Xϕs_{ϵ,l S}ϕs,∗_{ϵ,l} · (P^{ϕs,R}_{ϵ,l} )^T )} (c) = tr { C̃^{ϕs}_{ϵ,l} · [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ] [ C̃_{Xϕsϵ,l Sϕs,∗ϵ,l} 0_{(2l−l̃ϵ,l)×l̃ϵ,l} 0_{l̃ϵ,l ×(2l−l̃ϵ,l)} 0_{l̃ϵ,l×l̃ϵ,l} ] [ P^{ϕs,R}_{ϵ,l} P^{ϕs,N}_{ϵ,l} ]_T }

(d) = tr { C̃^{ϕs}_{ϵ,l} · C_{Xϕsϵ,l ,Sϕs,∗ϵ,l} } (B.14a) = 0. (B.14b)

2l − l̃_{ϵ,l} − 1, denotes the i-th element of the vector Γ̃^{ϕs}_{ϵ,2l−l̃ϵ,l} , respectively. From Eqn. (B.13), it follows that γ̃^{ϕs}_{ϵ,i} are i.i.d. standard Gaussian RVs, therefore (γ̃^{ϕs}_{ϵ,i} )^2, 0 ≤ i ≤ 2l − l̃_{ϵ,l} − 1, are i.i.d. central chi-square RVs with a single degree-of-freedom [32, Sec. 3.8.17].

In Eqns. (B.14) we show that E {Ṽ^{ϕs}_{ϵ,l} } = 0, where in the derivation, (a) follows as E {(γ̃^{ϕs}_{ϵ,i} )^2} = 1; (b) follows since the sum of the eigenvalues of a square matrix equals to its trace [33, Sec. 1.3] and from Eqns. (B.11); (c) and (d) follow from Eqn. (B.6); equality to zero in the last step follows by substituting the respective matrices explicitly. Therefore, we have E {Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} )} = E { 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs,∗_{ϵ,l} ) ) + 1 2l log(e) · Ṽ^{ϕs}_{ϵ,l} }

= 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs,∗_{ϵ,l} ) ) + 1 2l log(e) · E {Ṽ^{ϕs}_{ϵ,l} } (a) = 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs,∗_{ϵ,l} ) )

(b) = 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ), (B.15) where (a) follows from Eqn. (B.14b); and (b) follows from Eqn. (B.5b).

Next, consider Var{Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} )}. We first compute Var{Ṽ^{ϕs}_{ϵ,l} }:

Var{Ṽ^{ϕs}_{ϵ,l} } = Var { 2l−^~l_{ϵ,l} −1 ∑ i=0 λ^{ϕs}_{ϵ,i} · (γ̃^{ϕs}_{ϵ,i} )^2 }

(a) = 2l−l̃_{ϵ,l} −1 ∑ i=0 Var{λ^{ϕs}_{ϵ,i} · (γ̃^{ϕs}_{ϵ,i} )^2} (b) = 2 · 2l−l̃_{ϵ,l} −1 ∑ i=0 (λ^{ϕs}_{ϵ,i})^2 (c) = 2 · tr { (C̃^{ϕs}_{ϵ,l} )^2 } (d) = 2 · tr {( C̃^{ϕs}_{ϵ,l} · C_{Xϕsϵ,l ,Sϕs,∗ϵ,l} )^2 } (e) = 4 · ( l − tr { (C_Xϕs_{ϵ,l} )^{−1}C_Sϕs,∗_{ϵ,l} }) (f) < 4l, (B.16)

where (a) follows as (γ̃^{ϕs}_{ϵ,i} )^2 are mutually independent; (b) follows from Var{(γ̃^{ϕs}_{ϵ,i} )^2} = 2; (c) follows from Eqn. (B.11b); (d) follows from Eqns. (B.11a) and (B.14a); (e) follows from the explicit expressions for the matrices; and (f) follows from the positive definiteness of the matrices C_Xϕs_{ϵ,l} and C_Sϕs,∗_{ϵ,l} and the spectral decomposition of these two matrices, which lead to tr{(C_Xϕs_{ϵ,l} )^{−1}C_Sϕs,∗_{ϵ,l} } > 0. Then, we obtain

Var { Z_l ( F^{ϕs}_{Xϵ ,X̂ ∗ϵ} )}

= Var { 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs,∗_{ϵ,l} ) ) + 1 2l log(e)Ṽ^{ϕs}_{ϵ,l} }

= 1 4l^2 ( log(e)

)_2 · Var{Ṽ^{ϕs}_{ϵ,l} } (a) < 3 l , (B.17)

where (a) follows by substituting Eqn. (B.16). Applying Chebyshev’s inequality [34, Eqn. (1.58)] to the RV

Z_l ( F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) and incorporating Eqns. (B.15) and (B.17), we obtain (see [13, Appendix A]) Pr {| |Zl ( F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) − 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) | | | ≥ 1 l^13 } < 3 l^13 . It thus follows that for any δ ∈ R^{++}, there exists an associated blocklength l^{(2)}_δ ∈ N^+, such that for any blocklength l ≥ l^{(2)}_δ , Pr { Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) ≥ 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) + δ } < 3δ. (B.18)

By [25, Thm. 4.1.9.(a)], we have that for any δ ∈ R^{++}, there exists an associated blocklength l^{(3)}_δ ∈ N^+, such that for any blocklength l ≥ l^{(3)}_δ 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) < lim sup_{l→∞} 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) + δ. Combining this with Eqn. (B.18) and taking the blocklength l ≥ max { l^{(2)}_δ , l^{(3)}_δ } , we obtain: Pr { Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} )>lim sup_{l→∞} 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) + 2δ } <3δ. (B.19) Then, by the definition of the limit superior in probability, taking δ → 0 it follows from Eqn. (B.19) that

p- lim sup l→∞ Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) ≜ inf { α ∈ R | lim_{l→∞} Pr{Z_l(F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) > α} = 0 } ≤ lim sup l→∞ 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ). (B.20) Next consider the distortion. By design of the reconstruction codebook for the achievable scheme it holds that

lim sup l→∞ 1 l · E {_{l−1}∑ i=0 ( X^{ϕs}_ϵ [i] − X̂^{ϕs}_ϵ [i] )_2 }

= lim sup l→∞ 1 l tr { C_Sϕs,∗_{ϵ,l} }

≤ D. (B.21)

Lastly, note that by [11, Thm. 5.5.1], as the MSE distortion is uniformly integrable by Lemma 1, and satisfies (B.21), then p- lim sup_{l→∞} Z_l ( F^{ϕs}_{Xϵ ,X̂ ∗ϵ} ) is achievable, and thus, by (B.20),

lim sup_{l→∞}^1_l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) is achievable. Since 1 l I(X^{ϕs}_{ϵ,l} ; X̂^{ϕs,∗}_{ϵ,l} ) = inf_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) , we conclude that

R^{ϕs}_ϵ (D) ≤ lim sup_{l→∞} inf_C Sϕsϵ,l ∈CSϕsϵ,l 1 2l log ( det(C_{Xϕsϵ,l} )

det(C_Sϕs_{ϵ,l} ) ) . Therefore, Lemma B.2 is proved.

Combining Lemmas B.1 and B.2, the RDF for a given ϕ_s is obtained. Lastly, for the scenario of Thm. 1, the equidistribution theorem (see [35, Ex. 2.1] and [36, Sec. XI.1]) implies that asymptotically, as the number of generated source messages goes to infinity, the fact that the sampling interval T_s(ϵ) is incommensurate with the cyclostationarity period T_c of the CT WSCS source process, implies that the sampling phase ϕ_s of the generated source messages is uniformly distributed over the interval [0, T_c). Accordingly, the RDF R_ϵ(D) in Thm. 1 is obtained by averaging over ϕ_s as in Eqn. (3), which completes the proof of Thm. 1.

REFERENCES

[1] W. A. Gardner, A. Napolitano, and L. Paura, “Cyclostationarity: Half a century of research,” Signal Processing, vol. 86, no. 4, pp. 639–697, Sep. 2006.

[2] L. Izzo and A. Napolitano, “Higher-order cyclostationarity properties of sampled time-series,” Signal Processing, vol. 54, no. 3, pp. 303–307, Nov. 1996.

[3] T. Cover and A. E. Gamal, “Capacity theorems for the relay channel,” IEEE Transactions on Information Theory, vol. 25, no. 5, pp. 572–584, Sep. 1979.

[4] R. Dabora and S. D. Servetto, “On the role of estimate-and-forward with time sharing in cooperative communication,” IEEE Transactions on Information Theory, vol. 54, no. 10, pp. 4409–4431, Oct. 2008.

[5] J. R. Vig, “Quartz crystal resonators and oscillators for frequency control and timing applications: A tutorial (Revision 6.1),” Electronics Technology and Devices Lab, Army Lab Command, Fort Monmouth, NJ, USA, Tech. Rep., May 1993.

[6] C. Azeredo-Leme, “Clock jitter effects on sampling: A tutorial,” IEEE Circuits and Systems Magazine, vol. 11, no. 3, pp. 26–37, Third Quarter 2011.

[7] S. Wei, D. L. Goeckel, and P. A. Kelly, “Convergence of the complex envelope of bandlimited OFDM signals,” IEEE Transactions on Information Theory, vol. 56, no. 10, pp. 4893–4904, Oct. 2010.

[8] K. Metzger, “On the probability density of intersymbol interference,” IEEE Transactions on Communications, vol. 35, no. 4, pp. 396–402, Apr. 1987.

[9] T. M. Cover and J. A. Thomas, Elements of Information Theory, 2nd ed.

Hoboken, NJ, USA: John Wiley & Sons, 2006.

[10] T. S. Han and S. Verdú, “Approximation theory of output statistics,” IEEE Transactions on Information Theory, vol. 39, no. 3, pp. 752–772, May 1993.

[11] T. S. Han, Information-Spectrum Methods in Information Theory.

Berlin, Germany: Springer, 2010.

[12] N. Shlezinger, E. Abakasanga, R. Dabora, and Y. C. Eldar, “The capacity of memoryless channels with sampled cyclostationary Gaussian noise,” IEEE Transactions on Communications, vol. 68, no. 1, pp. 106–121, Jan. 2020.

[13] R. Dabora and E. Abakasanga, “On the capacity of communication channels with memory and sampled additive cyclostationary Gaussian noise,” IEEE Transactions on Information Theory, vol. 69, no. 10, pp. 6137–6166, Oct. 2023.

[14] A. Kipnis, A. J. Goldsmith, and Y. C. Eldar, “The distortion rate function of cyclostationary Gaussian processes,” IEEE Transactions on Information Theory, vol. 64, no. 5, pp. 3810–3824, May 2018.

[15] G. B. Giannakis, “Cyclostationary signal analysis,” in Digital Signal Processing Handbook, V. K. Madisetti and D. B. Williams, Eds. Boca Raton, FL, USA: CRC Press, 1999, ch. 17.

[16] E. Abakasanga, N. Shlezinger, and R. Dabora, “On the rate-distortion function of sampled cyclostationary Gaussian processes,” Entropy, vol. 22, no. 3, Mar. 2020.

[17] H. Bohr, Almost Periodic Functions. Mineola, NY, USA: Dover Publications, 2018.

[18] F. Chérif, “A various types of almost periodic functions on Banach spaces: Part I,” International Mathematical Forum, vol. 6, no. 19, pp. 921–952, Jan. 2011.

[19] Y. Guan and K. Wang, “Translation properties of time scales and almost periodic functions,” Mathematical and Computer Modelling, vol. 57, no. 5, pp. 1165–1174, Mar. 2013.

[20] W. Gardner, “Common pitfalls in the application of stationary process theory to time-sampled and modulated signals,” IEEE Transactions on Communications, vol. 35, no. 5, pp. 529–534, May 1987.

[21] A. El Gamal and Y.-H. Kim, Network Information Theory. Cambridge, UK: Cambridge University Press, 2011.

[22] T. Berger and J. D. Gibson, “Lossy source coding,” IEEE Transactions on Information Theory, vol. 44, no. 6, pp. 2693–2723, Oct. 1998.

[23] P. Billingsley, Convergence of Probability Measures, 2nd ed. Hoboken, NJ, USA: John Wiley & Sons, 1999.

[24] V. Kostina, “Lossy data compression: Nonasymptotic fundamental limits,” Ph.D. dissertation, Princeton University, Princeton, NJ, USA, Sep. 2013.

[25] W. F. Trench, Introduction to Real Analysis. Upper Saddle River, NJ, USA: Pearson Education, 2003.

[26] M. Ahsanullah, B. M. G. Kibria, and M. Shakil, Normal and Student’s t Distributions and Their Applications. Paris, France: Atlantis Press, 2014.

[27] S. Verdú and T. S. Han, “A general formula for channel capacity,” IEEE Transactions on Information Theory, vol. 40, no. 4, pp. 1147–1157, Jul. 1994.

[28] E. Baktash, M. Karimi, and X. Wang, “Covariance matrix estimation under degeneracy for complex elliptically symmetric distributions,” IEEE Transactions on Vehicular Technology, vol. 66, no. 3, pp. 2474–2484, Mar. 2017.

[29] R. Bhatia, Positive Definite Matrices. Princeton, NJ, USA: Princeton University Press, 2007.

[30] R. A. Horn and C. R. Johnson, Matrix Analysis, 2nd ed. Cambridge, UK: Cambridge University Press, 2012.

[31] J. E. Gentle, Matrix Algebra Theory: Computations and Applications in Statistics, 2nd ed. Cham, Switzerland: Springer, 2017.

[32] J. J. Shynk, Probability, Random Variables, and Random Processes:

Theory and Signal Processing Applications. Hoboken, NJ, USA: John Wiley & Sons, 2012.

[33] F. Zhang, Matrix Theory: Basic Results and Techniques, 2nd ed. New York, NY, USA: Springer, 2011.

[34] R. G. Gallager, Stochastic Processes: Theory for Applications. Cambridge, UK: Cambridge University Press, 2013.

[35] L. Kuipers and H. Niederreiter, Uniform Distribution of Sequences.

Hoboken, NJ, USA: John Wiley & Sons, 1974.

[36] W. A. Coppel, Number Theory: An Introduction to Mathematics, 2nd ed.

New York, NY, USA: Springer, 2009.