arXiv:2409.00402v1 [cs.IT] 31 Aug 2024

Generalized Orthogonal Chirp Division Multiplexing in Doubly Selective Channels

Yun Liu, Hao Zhao, Huazhen Yao, Zeng Hu, Yinming Cui, Dehuan Wan

Abstract—In recent years, orthogonal chirp division modulation (OCDM) has gained attention as a robust communication waveform due to its strong resistance to both time-domain and frequency-domain interference. However, similar to orthogonal frequency division multiplexing (OFDM), OCDM suffers from a high peak-to-average power ratio (PAPR), resulting in increased hardware costs and reduced energy efficiency of the transmitter’s power amplifiers. In this work, we introduce a novel unitary transform called the Generalized Discrete Fresnel Transform (GDFnT) and propose a new waveform based on this transform, named Generalized Orthogonal Chirp Division Modulation (GOCDM). In GOCDM, data symbols from the constellation diagram are independently placed in the Generalized Fresnel (GF) domain. We derive the GF-domain channel matrix for the GOCDM system under time-frequency doubly selective channels and leverages the sparsity of the GF-domain channel matrix to design an iterative receiver based on the message-passing algorithm. Simulation results demonstrate that GOCDM achieves better PAPR performance than OCDM without compromising bit error rate (BER) performance.

Index Terms—Generalized Discrete Fresnel Transform (GDFnT), Generalized Orthogonal chirp division multiplexing (GOCDM), time-varying, vehicular communications, underwater acoustic communications, message passing.

I. INTRODUCTION In wireless communication channels, the signal reaches the receiver via multipath propagation. The differences in time delays among various channel paths, described by delay spread, induce frequency-selective fading in the signal. Additionally, the relative motion between transceivers induces Doppler shifts in the signal copies along each path. The Doppler shifts may vary across different paths. These variations are usually characterized by the channel’s Doppler spread. The Doppler effect causes the signal to undergo time-selective fading. Hence, in highly mobile wireless channels, the signal undergoes timeand-frequency-selective fading, commonly known as doubly selective (DS) fading [1].

Orthogonal Frequency Division Multiplexing (OFDM) is a widely used waveform in wireless communications. Thanks to its ability to achieve spectral-efficient communication over

Yun Liu and Dehuan Wan are with the School of Internet Finance and Information Engineering, Guangdong University of Finance, Guangzhou 510521, China (e-mail: yunliu@gduf.edu.cn, wan e@gduf.edu.cn). Hao Zhao is with the Department of Communication Engineering, Guangzhou Maritime University, Guangzhou 510725, China (e-mail:zhaohao@gzmtu.edu.cn). Yuazhen Yao and Zeng Hu are with the School of Information Science and Technology, Zhongkai University of Agriculture and Engineering, Guangzhou 510225, China (e-mail:11685450@qq.com, huzeng@zhku.edu.cn). Yinming Cui is with the School of Electronics and Information Engineering, South China University of Technology, Guangzhou 510640, China (e-mail: ymcui@scut.edu.cn).

frequency-selective channels by simply using single-tap persubcarrier equalization, OFDM has been adopted in numerous wireless communication systems over the past decades, such as wireless local area networks (WLAN) [2], the 3rd Generation Partnership Project Long-Term Evolution (3GPP LTE) wireless broadband communication systems [3], the fifth generation of mobile network (5G) [4], and others. However, the orthogonality of subcarriers in OFDM signals is highly vulnerable to disruption by channel Doppler shifts, resulting in inter-carrier interference (ICI) [5]. The presence of ICI greatly increases the overhead of channel estimation and symbol detection in OFDM, including the need for more pilots and higher computational complexity [6]–[8]. Additionally, OFDM cannot exploit the channel’s frequency diversity with uncoded transmission, as each data symbol is conveyed on a single subcarrier. Furthermore, OFDM signals exhibit an excessively high peak-to-average power ratio (PAPR) [9], [10]. To avoid nonlinear distortion of the transmitted signal, the power amplifier must operate with a larger dynamic range, which negatively impacts both the cost and energy efficiency of the transmitter [11], [12].

For systems where the transmitter is sensitive to power and energy efficiency, or those seeking to achieve higher transmission power with a given power amplifier, discrete Fourier transform (DFT) precoded OFDM (DFT-OFDM), also known as single carrier (SC) block transmission, is an attractive waveform due to its very low PAPR [13]. For instance, it has been adopted by the LTE standard as the uplink transmission technology for mobile communication systems [3], [14]. Additionally, since each data symbol in DFT-OFDM distributes its energy across the entire frequency domain of the system, it can effectively exploit the channel’s frequency diversity even with uncoded transmission.

In [15], A novel waveform named Orthogonal Chirps Division Multiplexing (OCDM) was initially proposed for fiberoptical communications. In recent years, research on OCDM has extended to RF communication [16]–[18], underwater acoustic communication [19], [20], and integrated sensing and communication systems [21], [22]. Using an inverse discrete Fresnel transform (IDFnT), OCDM modulates a group of data symbols onto mutually orthogonal chirps that are superimposed in the time domain. Thanks to each chirp experiencing the entire duration and bandwidth of OCDM symbols, OCDM demonstrates robust interference resistance (against narrowband noise or burst noise), as well as good capability in exploiting channel time diversity and frequency diversity [16]. In a quasi-static frequency selective channel, assuming sufficient guard intervals and the same spectral efficiency, OCDM and

DFT-OFDM have the same performance and are better than OFDM in terms of bit error rate (BER). But when the the guard interval is insufficient, the OCDM out performs DFT- OFDM [15]. It has been proven that, in terms of the achievable rate, OCDM and DFT-OFDM are the optimal waveforms for frequency-selective channels, while OCDM and OFDM are optimal for time-selective channels, under the following assumptions: 1) channel state information (CSI) is known only by the receiver, and 2) the receiver performs sufficient iterative detection using decision feedback information [23], [24].

Since OFDM and SC allocate the energy of each data symbol to a single subcarrier and a single time slot, respectively, they are unable to fully exploit the time and frequency domain diversity of doubly selective channels. In contrast, OCDM leverages the diversity in both time and frequency domains by spreading the energy of each Chirp signal across the entire time and frequency spectrum. However, similar to OFDM, OCDM signals also exhibit a high PAPR [25].

In this paper, we propose a new waveform called Generalized OCDM (GOCDM) to reduce the signal’s PAPR. We then study the demodulation method of the GOCDM signal based on the DS channel with multiple lags and multiple Dopplers (MLMD). An MLMD channel comprises multiple paths, each characterized by its own path gain, time delay, and Doppler shift. The MLMD model has been widely used to describe scenarios involving relative motion between transceivers, such as vehicular communications and underwater acoustic UUV communications. [26]–[29]. To evaluate the proposed GOCDM detectors, we adopt two MLMD channels in the simulation. The first is an under-spread radio channel, where the coherence time is much larger than the delay spread. The second is an over-spread underwater acoustic channel, where the coherence time is comparable to or even shorter than the delay spread.

The main contributions of this paper are:

• We propose a novel unitary transform called the Generalized Discrete Fresnel Transform (GDFnT), with the conventional Discrete Fresnel Transform (DFnT) as a special case of this broader framework. Using the GDFnT, we introduce an innovative waveform named GOCDM and present a low-complexity implementation method for it. • Given the gains, delays, and Doppler shifts of the channel paths, we derive the equivalent channel matrix in the generalized-Fresnel (GF) domain. Furthermore, we propose a low-complexity method to approximate this matrix as a sparse matrix. This sparse representation can be utilized to design a complexity-reduced receiver.

• Using the approximated GF-domain channel matrix, we describe the input-output relationship of GOCDM with a factor graph. We then propose an message passing (MP) based receiver to iteratively detect the data symbols.

• We evaluate the PAPR and BER performance of GOCDM in comparison to OCDM using Monte Carlo simulations. For BER assessment, we utilize both Minimum Mean Square Error (MMSE) equalization-based receivers and message passing (MP) detectors.

The remainder of this paper is organized as follows: Section II introduces the GDFnT to support GOCDM. Section III presents the proposed GOCDM. In Section IV, the mathematical model of the GOCDM system under an MLMD channel is studied. Section V discusses the message-passing-based detector for GOCDM. Section VI provides simulations to evaluate the performance of the GOCDM system under DS channels. Finally, Section VII concludes the paper.

Notation: Bold upright uppercase letters are used to denote matrices (e.g., A), while bold italic lowercase letters denote vectors (e.g., a). Functions with continuous and discrete variables are represented by x(·) and x[·], respectively. Some of the mathematical notations are listed as follows. j √ −1 p̄(·) probability of an event E(·) expectation of a random variable (·)^H Hermitian transpose of a matrix (·)^T transpose of a matrix (·)^{−1} inversion of a matrix (·)^∗ conjugate of a complex variable diag(·) diagonal matrix converted from a vector Z the set of integer R the set of real numbers I_n the N × N identity matrix [A]_{m,n} the (m, n)-th element of matrix A [a]_m the m-th element of vector a ℜ(·) the real part of a complex number ℑ(·) the imaginary part of a complex number δ[·] the Dirac delta function ⌊·⌋ the largest integer not greater the given number ⟨n⟩_N n modulo N

II. GENERALIZED DISCRETE FRESNEL TRANSFORM

Given a complex column vector a of length MN, where M and N are positive integers, its GDFnT parameterized by (M, N) is α = Θ_{M,N} a, with the GDFnT transform matrix Θ_{M,N} defined as:

Θ_{M,N} = Φ_N ⊗ I_M , (1)

where ⊗ is the Kronecker product operator, Φ_N is the conventional N-dimensional DFnT transform matrix. The (n, n^′)th element of Φ_N is

[Φ_N ]_{n,n}′ = 1 √ N e^{−j π4} e^{j πN} (^{n′−n})^2 , (2)

n, n^′ = 0, 1, · · · , N − 1, when N is even. When N is odd, the value of [Φ_N ]_{n,n}′ is given by

[Φ_N ]_{n,n}′ = 1 √ N e^{−j π4} e^{j πN} (^{n′ −n+ 12} )^2 . (3)

According to the definition of the Kronecker product, Θ_{M,N} can be expressed in the form of a block matrix, as shown in (4) at the top of next page.

Additionally, the GDFnT is an unitary transform, namely, the inverse generalized discrete Fresnel transform (IGDFnT) matrix Θ^{−1}_{M,N} = Θ^H_{M,N} .

Θ_{M,N} =

[Φ_N ]_{0,0} I_M [Φ_N ]_{0,1} I_M · · · [Φ_N ]_{0,N−1} I_M [Φ_N ]_{1,0} I_M [Φ_N ]_{1,1} I_M · · · [Φ_N ]_{1,N−1} I_M . . . . .. . . . [Φ_N ]_{N−1,0} I_M [Φ_N ]_{N−1,1} I_M · · · [Φ_N ]_{N−1,N−1} I_M (4)

Proof. Thanks to the properties of the Kronecker product and the traditional DFnT [15], [30], the inverse matrix of Θ_{M,N} can be expressed as

Θ^{−1}_{M,N} = Φ^{−1}_N ⊗ I_M

= Φ^H_N ⊗ I_M

= (Φ_N ⊗ I_M )^H = Θ^H_{M,N} . (5)

III. SYSTEM MODEL A. GOCDM Modulation

GOCDM conveys data symbols block by block. Without loss of generality, we use a signal block as an example to introduce the principles of GOCDM. As illustrated in Fig. 1, initially, a set of independent data bits with a total length of MN log_2 M is mapped to MN independent data symbols using an M-ary quadrature amplitude modulation (QAM) or phase shift keying (PSK) constellation X = {α_0, α_1, . . . , α_{M−1}}, where M, N, and M are positive integers. Let the resulting data-symbol sequence be denoted as x_n, n = 0, 1, . . . , MN − 1. Through a serial-to-parallel converter, the symbol sequence is converted into the vector x with [x]_n = x [n]. Then, x is transformed into the vector s using an IGDFnT with transform matrix Θ^H_{M,N} as

s = Θ^H_{M,N} x. (6)

Next, through a serial-to-parallel converter, the signal vector x is transformed into the signal sequence s[n], n = 0, 1, . . . , MN −1, with s [n] = [s]_n. By adding a cyclic prefix of length G to the sequence x[n], we obtain the sequence s̃[n] expressed as

s̃ [n] = { s [n] , 0 ⩽ n ⩽ MN − 1 s [n + MN] , −G ⩽ n < 0 . (7) After that, through a digital-to-analog converter, the discrete signal s̃[n] is transformed into the continuous-time signal s̃(t), which is the equivalent baseband signal of the transmitted signal. The relationship between s̃[n] and s̃(t) can be described as s̃ [n] = √ T_s s̃ (t)|_{t=nTs} = √ T_ss̃ (nT_s) , −G ⩽ n ⩽ MN − 1, (8) where T_s = T/MN represents the the sampling interval of the signal under ideal sampling conditions, with T being the duration of a GOCDM block excluding the CP. The coefficient √ T_s in (8) ensures that the discrete-time signal s̃ [n] has the same block energy as the continuous-time one s̃(t). Namely, MN−1 ∑ n=−G |s̃ [n]|^2 = ∫_T −T_G |s̃ (t)|^2 dt (9) where T_g = GT_s is the CP duration of the GOCDM symbol block. Finally, s̃(t) is sent to the high-frequency module, which modulates the equivalent baseband signal onto the carrier, amplifies the power, and transmits it.

To reduce computational complexity required by Θ^H_{M,N} x, we utilize the method illustrated in Figure 1 to equivalently implement the IGDFnT transform. The specific steps are as follows: 1) Reshape x into an M-row, N-column matrix X, with the elements of x read sequentially and written into the matrix column-wise; 2) Perform an N-point IDFnT transform on each row of the signal matrix X to obtain the signal matrix S; 3) Extract elements from matrix S column-wise and convert them into column vectors s.

It is worth noting that, the N-point IDFnT can be equivalently implemented with low complexity using inverse fast Fourier transform (IFFT), when N is a power of two. Specifically, the transform matrix of the N-point IDFnT can be represented as Φ^H_N = Θ^H_1 F^H_N Θ^H_2 , (10)

where F^H_N is the transform matrix of N-point inverse discrete Fourier transform (IDFT), with [ F^H_N ] m,n = 1√ N e^{j2πmn/N} , m, n = 0, . . . , N − 1; Θ_1 and Θ_2 are diagonal matrices generated by vectors θ_1 and θ_2, respectively. Namely, Θ_1 = diag (θ_1) and Θ_2 = diag (θ_2), where the mth elements of vectors θ_1 and θ_2 are

[θ_1]_m = e^{−j π4} e^{j πN m2} , (11) and [θ_2]_m = e^{j πN m2} , (12)

respectively. Since the IDFT can be implemented using the IFFT, the computational complexity of an N-point IDFT is O (N log_2 N). Similarly, since the DFnT transform matrix can be expressed as Φ_N = Θ_2F_N Θ_1, this transform can also be efficiently implemented using the FFT.

B. Channel Model

In many wireless communication applications, the relative motion between the transmitter and the receiver causes the channel to fluctuate significantly even within the duration of a single signal block. In such cases, the channel should be modeled as a linear time-variant (LTV) system. To better illustrate the mathematical model of this type of LTV channel, we consider the scenario depicted in Fig. 2, where the receiver moves towards the stationary transmitter at a speed v. The propagation environment includes several reflectors. Using the ray-tracing technique, the received signal can be modeled as a superposition of transmitted signal copies from various paths, each characterized by a specific attenuation coefficient, delay,

Fig. 1. The block diagram of GOCDM transmitter.

Fig. 2. The LTV channel with multiple lags and multiple Doppler shifts.

and Doppler shift [31]. The Doppler shift experienced by the signal along the ith path is

v_i = f_cv cos θ_i/C, (13)

where C represents the propagation speed of the wireless medium (radio waves or acoustic waves); f_c is the carrier frequency of the system; θ_i is the angle between the ray of the ith path and the direction of relative motion between the transmitter and receiver. Let’s denote the attenuation coefficient and delay of the ith path in the equivalent baseband channel as h_i and τ_i, respectively. Then, the equivalent complex baseband signal at the receiver can be represented as [31]:

r (t) = P∑ i=1 h_is̃ (t − τ_i)e^{j2πvi (t−τi)} + ω (t) , t ∈ [0, T ] , (14) where P is the number of propagation paths, ω (t) is modeled as complex additive white Gaussian noise (AWGN), independent of the transmit signal and the channel, with a mean of zero and a power spectral density of N_0.

Considering that the resolution of the sampling interval T s is usually high enough to approximate the path delay as an integer multiple of the sampling interval in a typical communication system [1], we can express the delay of the ith path as τ_i = l_iT_s, (15)

where l_i is an integer, and can be seen as the path delay in the discrete-time domain.

Let us define the frequency-domain sampling interval of the signal as Δf = 1/T . We can then express the Doppler frequency shift of the ith path as the sum of two components: one that is an integer multiple of Δf and another that is a fractional multiple of Δf, namely,

v_i = (k_i + κ_i)Δf (16)

where k_i ∈ Z and κ_i ∈ (−0.5, 0.5].

Now, by substituting (15) and (16) into equation (14), the received complex baseband signal can be rewritten as

r (t) = P∑ i=1 h_is̃ (t − l_iT_s) e^{j2π(ki+κi )Δf (t−liTs)} + ω (t) . (17) Next, let’s sample the equivalent baseband signal r(t) at the ideal sampling interval T_s. With the CP removed, the corresponding discrete-time signal can be expressed as

r [n] = √ T_s r (t)|_{t=nTs} = √ T_s P∑ i=1 h_is̃ (nT_s − l_iT_s) e^{j2π(ki +κi)Δf (n−li )Ts} + √ T_sω (nT_s) = P∑ i=1 h̃_ie^{j 2π}M N^{(k}i^{+κ}i^{)n}s̃ [n − l_i] + ω [n]

= P∑ i=1 h̃_ie^{j 2π}M N^{(k}i^{+κ}i^{)n}s [⟨n − l_i⟩_{MN} ] + ω [n] , n = 0, 1, . . . , MN − 1, (18) where h̃_i is the equivalent path gain of the ith path, h̃_i = h_ie^{−j 2π}M N^{(k}i^{+κ}i^{)l}i , (19) ω [n] represents a discrete-time AWGN sequence, where each sample is independently and identically distributed (IID) with a mean of zero and a variance of N_0. Represent the received discrete-time baseband complex signal and the included AWGN noise as vectors

r = [r [0] , r [1] , . . . , r [MN − 1]]^T , (20) and ω = [ω [0] , ω [1] , . . . , ω [MN − 1]]^T , (21)

respectively. Then, the time-domain input-output relationship of the channel described in (18) can be rewritten as

r = Hs + ω, (22)

where H = P∑ i=1 h̃_iΛ^ki^{+κ}i Π^li (23)

is the channel matrix in the time domain, with Λ being a constant MN × MN diagonal matrix defined by

Λ = diag ([ e^{j 2πM N ·0}, e^{j 2πM N ·1}, . . . , e^{j 2πM N ·(MN−1)} ]) , (24)

and Π being an MN ×MN permutation matrix expressed by

Π = 0 · · · 0 1 1 .. . 0 0 . . .. . .. . . . 0 · · · 1 0

. (25)

The function of matrix Π is that, when Π multiplies a column vector s of length MN, the resulting vector is a version of s cyclically shifted forward by 1 element, i.e., Πs = [ [s]_{MN−1} , [s]_0 , · · · , [s]_{MN−2} ]_T . On the other hand, when a signal vector is left-multiplied by the diagonal matrix Λ^{ki+κi} , it undergoes a Doppler shift, with a normalized value k_i + κ_i. Therefore, using Equations (22) and (23), we can consider the received signal vector r as the superposition of P versions of the transmitted signal vector s, each version corresponding to an independent path. For the ith path, the transmitted signal vector s is first cyclically shifted forward by l_i elements, then experience a Doppler shift with a normalized value k_i + κ_i, and finally multiplied by an attenuation coefficient h̃_i.

IV. INPUT-OUTPUT RELATION

In this section, we first transform the received time-domain signal vector into the GF-domain, obtaining the vector y. Then, we derive the input-output relationship of the system in the GF domain, specifically the relationship between the transmitted signal vector x and the received signal vector y, and obtain the GF-domain channel matrix. We observe that the GF-domain channel exhibits significant sparsity. By leveraging this sparsity, we propose a low-complexity method for calculating the GF-domain channel matrix.

A. General Expression of the GF-domain Channel Matrix Based on (22), we perform a GDFnT on the received timedomain signal vector r, obtaining the GF-domain received signal y as y = Θ_{M,N} r = H_{eff} x + ω̃, (26)

with

H_{eff} = Θ_{M,N} HΘ^H_{M,N} , (27) and ω̃ = Θ_{M,N} ω, (28)

where H_{eff} and ω̃ is the equivalent channel matrix and the noise vector in the GF-domain, respectively. Since matrix Θ_{M,N} is unitary and the elements of noise vector ω are modeled as IID AWGN, the elements of ω̃ are also IID AWGN with zero mean and variance N_0.

Substituting (23) into (27), we have

H_{eff} = Θ_{M,N} HΘ^H_{M,N} (29) = P∑ i=1 h̃_i Θ_{M,N} Λ^ki^{+κ}i Π^li Θ^H_{M,N} (30)

= P∑ i=1 h̃_iP^{(i)}Q^{(i)} (31)

with P^{(i)} = Θ_{M,N} Λ^{ki +κi} Θ^H_{M,N} (32) and Q^{(i)} = Θ_{M,N} Π^{li} Θ^H_{M,N} . (33)

B. Complexity-reduced Computation of the GF-domain Channel Matrix

Note that directly computing the channel matrix using equation (31) results in extremely high computational complexity. This high complexity arises from the multiple multiplications of MN × MN dimensional matrices required in the calculation process.To obtain a computation-efficient and intuitive expression for the GF-domain channel matrix H_{eff} , we simplify the expressions of matrices P^{(i)} and Q^{(i)}, respectively.

To simplify (33), we need the following lemma. Lemma 1: Matrices Φ^H_{M,N} and Π satisfy the commutative property of multiplication, i.e., ΠΘ^H_{M,N} = Θ^H_{M,N} Π.

Proof : See Appendix A.

By applying Lemma 1 and using mathematical induction, it can be readily proven that equation (33) simplifies to

Q^{(i)} = Π^{li} . (34)

Next, we derive the expression for matrix P^{(i)} in two steps. First, we derive the expression for the case when the normalized Doppler shift is an integer. Subsequently, we extend this result to scenarios where the normalized Doppler shift includes a fractional component.

1) Case of integer Doppler shifts

Using (24), we can express the diagonal matrix Λ^{ki} in the form of a block matrix as

Λ^{ki} =

Λ^{ki}_0 Λ^{ki}_1 .. . Λ^{ki}_{N−1} (35)

with

Λ^{ki}_n = diag ([ e^{j 2πM N ki (nM+0)}, e^{j 2πM N ki(nM+1)}, · · · , e^{j 2πM N ki (nM+M−1)} ]) = e^{j 2πN ki n}Λ̊^{ki} , (36)

Λ̊ ≜ diag ([ e^{j 2πM N 0}, e^{j 2πM N 1}, · · · , e^{j 2πM N (M−1)} ]) , (37)

and n = 0, 1, . . . , N − 1.

According to (2), (4), (32), (35) and (36), the matrix P^{(i)} can also be expressed as a block matrix in the form

P^{(i)} =

P^{(i)}_{0,0} P^{(i)}_{0,1} · · · P^{(i)}_{0,N−1} P^{(i)}_{1,0} P^{(i)}_{1,1} · · · P^{(i)}_{1,N−1} . . . . .. . . . P^{(i)}_{N−1,0} P^{(i)}_{N−1,1} · · · P^{(i)}_{N−1,N−1}

(38)

with

P^{(i)}_{n,n}′ = N−1∑ n̄=0

[Φ_N ]_{n,n̄} [ Φ^H_N ] n̄,n^′ e j^{2π}_N n̄Λ̊k_i

= 1 N e^{j πN} [^{n2−n′ 2}] (_{N−1} ∑ n̄=0 e^{j 2πN} (^{n′ −n+ki})^{n̄} ) Λ̊^ki

= e^{j πN} [^{n2 −n′2}]δ [⟨n − n^′ − k_i⟩_N ] Λ̊^{ki} (39) and n, n^′ = 0, 1, . . . , N − 1. Next, we derive the expression for the (p, p^′)th element of matrix [ P^{(i)} ] p,p^′ = e^{j πN} [^{n2 −n′2} ]δ [⟨n − n^′ − k_i⟩_N ] [ Λ̊^ki ] m,m^′ = e^{j πN} [^{n2 −n′2} ]e^{j 2πM N ki m}δ [⟨n − n^′ − k_i⟩_N ] · δ [m − m^′] = e^{j πN} [ ⌊^p_M ⌋^2 −⌊^{p′}_M ⌋^2 ] e^{j 2πM N (ki +b)⟨p⟩M} · δ [⟨p − p^′ − k_iM⟩_{MN} ] . (40) 2) Case of Fractional Doppler shifts

Given a non-zero fractional Doppler shift κ_i, we can write the diagonal matrix Λ^{κi} as

Λ^{κi} = diag (v_i) , (41)

with

v_i = [ e^{j 2πM N κi ·0}, e^{j 2πM N κi·1}, . . . , e^{j 2πM N κi·(MN−1)} ]_T . (42)

Let us define a set of complex vectors V = { ϑ_b|b = − MN 2 , . . . , 0, . . . , MN 2 − 1 } , (43) where

ϑ_b = [ e^{j 2πM N b·0}, e^{j 2πM N b·1}, . . . , e^{j 2πM N b·(MN−1)} ]_T . (44)

It should be noted that the set V constitutes an orthonormal basis in the MN-dimensional vector space over the field of complex numbers. Then we can express the vector v_i as a linear combination of the vectors in the orthonormal basis V, i.e.,

v_i = MN/2−1 ∑ b=−MN/2 λ_{i,b}ϑ_b (45)

where λ_{i,b} = ϑ^H_b v_i ϑ^H_b ϑ_b = 1 MN MN−1 ∑ n=0 e^{j 2πM N κin}e^{−j 2πM N bn} = 1 MN e^{j2πκi} − 1 e^{j 2π}M N^{(κi −b)} − 1 . (46)

In equation (46), as the absolute value of b increases from zero, the magnitude of the denominator | | |e^{j 2πM N (κi−b)} − 1 | | | in the fraction also increases from a value close to zero. Consequently, the magnitude of λ_{i,b} decreases rapidly with the increasing absolute value of b. Therefore, Λ^{κi} can be approximated as Λ^{κi} ≈ B_i∑

b=−B_i λ_{i,b}diag (v_b)

≈ B_i∑

b=−B_i λ_{i,b}Λ^b. (47) whee B_i is a constant integer that controls the approximation accuracy.

Based on Equation (47), it can be observed that a fractional Doppler shift can be approximately equivalent to multiple integer Doppler shifts. Therefore, using the result given in (40), we can approximate P^{(i)} with path Doppler shift k_i + κ_i as [ P̃^{(i)} ] p,p^′ = B_i∑

b=−B_i λ_{i,b}e^{j πN} [^{n2 −n′2} ]e^{j 2πM N (ki +b)m} · δ [⟨n − n^′ − k_i − b⟩_N ] δ [m − m^′] = B_i∑

b=−B_i λ_{i,b}e^{j πN} [ ⌊^p_M ⌋^2−⌊^{p′}_M ⌋^2 ] e^{j 2πM N (ki +b)⟨p⟩M} · δ [⟨p − p^′ − (k_i + b) M⟩_{MN} ] . (48)

According to (31), (34), and (48), the generalized-Fresnel domain channel matrix H_{eff} can be approximated as H̃_{eff} , whose (p, p′)th element is [ H̃_{eff} ] p,p^′ = P∑ i=1 h̃_i [ P̃^{(i)}Q^{(i)} ] p,p^′ = P∑ i=1 h̃_i [ P̃^{(i)} ] p,⟨p^′ +l_i⟩_{M N}

= P∑ i=1

B_i∑

b=−B_i ( h̃_iλ_{i,b}e^{j π}N [ ⌊^p_M ⌋^2 −⌊^{p′+li}_M ⌋^2 ]

e^{j 2πM N (ki+b)⟨p⟩M} δ [⟨p − p^′ − l_i − (k_i + b) M⟩_{MN} ] ) . (49)

Note that, in (49), B_i and λ_{i,0} should be set to zero and 1, respectively, when κ_i = 0.

Based on (49), we can consider the GF-domain channel as a channel comprising ∑_P i=1 (2B_i + 1) virtual paths, where the (i, b)th virtual path induces a cyclic shift of l_i − (k_i + b) M positions on each transmitted symbol (element of x). Let us denote the set of all virtual path indices as set A = {(i, b) |i = 0, · · · , P − 1, b = −B_i, · · · , 0, · · · , B_i} . (50) It is evident that different virtual paths may have the same number of cyclic shifts. We group all virtual paths with the same number of cyclic shifts together, denoting their indices as set A_ℓ = {(i, b) |l_i − (k_i + b) M = d_ℓ, (i, b) ∈ A} ℓ = 0, 1, · · · , L − 1, (51) where L is the number of groups, d_ℓ represents the number of positions for the cyclic shift of the virtual paths corresponding to A_ℓ. All indices sets expressed in (51) are mutually disjoint, and their union forms the set A, i.e., d_{ℓ1} ≠ d_{ℓ2} , ℓ_1 ≠ ℓ_2 and A = ⋃_{L−1} ℓ=0 A_ℓ.

According to (49) and (51), the (p, p^′)th element of H̃_{eff} can be rewritten as [ H̃_{eff} ] p,p^′ = L∑ ℓ=1 h̆^ℓ_{p,p′} δ [⟨p − p^′ − d_ℓ⟩_{MN} ]

= {˘ h^ℓ_{p,p}′ , p = ⟨p^′ + d_ℓ⟩_M , ℓ = 0, · · · , L − 1 0, others (52)

where h̆^ℓ_{p,p′} = ∑ (i,b)∈A_ℓ h̃_iλ_{i,b}e^{j π}N [ ⌊^p_M ⌋^2 −⌊^{p′ +li}_M ⌋^2 ] e^{j 2πM N (ki +b)⟨p⟩M} . (53) From (52), it can be seen that H̃_{eff} is a sparse matrix, with each row (or column) containing L nonzero elements. Therefore, in practical applications, the GF-domain channel matrix can be obtained by directly calculating the nonzero elements of H̃_{eff} , significantly reducing computational overhead compared to calculating it with (31).

V. MESSAGE PASSING BASED DETECTOR

In this section, we assume that the path parameters of the equivalent baseband channel, including time delays, Doppler shifts, and attenuation coefficients, are perfectly known at the receiver. We propose an iterative detector using the MP algorithm, which leverages the sparsity of the GF-domain channel matrix H̃_{eff} .

Considering the noise introduced by the approximate computation of the GF-domain channel matrix, based on (26), we rewrite the GF-domain input-output relationship as

y = H̃_{eff} x + ω̆, (54)

where ω̆ represents the noise vector encompassing both channel additive noise and channel approximation noise. For simplicity, we assume that the elements of ω̆ are i.i.d. AWGN with a mean of zero and a variance of σ^2_0 .

From (52), it is evident that the received symbol [y]_p, p = 0, 1, · · · , MN − 1, contains contributions from L transmitted symbols whose indices can be expressed by vector b_p = ⟨[p − d_0, p − d_1, · · · , p − d_{L−1}]⟩_{MN} . (55) On the other hand, the transmitted symbol [x]_{p′}, p^′ = 0, 1, · · · , MN − 1, affects L received symbols whose indices are expressed by vector

q_p′ = ⟨[p^′ + d_0, p^′ + d_1, · · · , p^′ + d_{L−1}]⟩_{MN} . (56)

Next, we consider the received symbol [y]_p as an observation of the transmitted symbol [x]_{[bp]ℓ} and express their relationship as

[y]_p = [ H̃_{eff} ] p,[b_p]_ℓ · [x]_{[bp]ℓ}

+ L−1∑ i = 0 i ≠ ℓ

[ H̃_{eff} ] p,[b_p]_i · [x]_{[bp]i} + [ω̆]_p

[W]_{p,}[_{bp}]_ℓ

, (57)

where [W]_{p,[bp]ℓ} represents the observation noise, which includes Gaussian white noise [ω̆]_p and interference caused by the other L − 1 transmitted symbols. For computational simplicity, we assume that the elements of x are independent with each other, and [W]_{p,[bp]ℓ} follows a complex Gaussian distribution.

From (57), it is evident that if the discrete probability distribution of the random vector x is known, the mean and variance of the observation noise [W]_{p,[bp]ℓ} , p = 0, · · · , MN − 1, ℓ = 0, · · · , L−1, can be obtained. Conversely, if the mean and variance of [W]_{p,[bp]ℓ} is known, the probability distribution of [x]_{[bp]ℓ} can be calculated from the observed value [y]_p. Therefore, the estimation problem for x and [W]_{p,[bp]ℓ} represents a classic “chicken-and-egg” problem, which can be resolved using an iterative estimation method based on message passing [32].

First, we depict the factor graph in Fig. (3). In the factor graph, the variable nodes, representing the transmitted symbols are illustrated as ellipses, while the factor nodes, representing the observed signal, are illustrated as rectangles. The connections between variable nodes and factor nodes are sparse. As shown in subfigure (a), the variable node [x]_p′ sends the probability distribution of [x]_p′ , i.e., p̄_{p′ ,}[_{qp′} ]_ℓ , to the factor node [y][_{qp′} ]_ℓ . p̄_{p′ ,}[_{qp′} ]_ℓ is a probability mass function (pmf) defined as

p̄_{p′ ,}[_{qp′} ]_ℓ = [ p̄_{p′,}[_{qp′} ]_ℓ (α_0) , p̄_{p′,}[_{qp′} ]_ℓ (α_1) ,

· · · , p̄_{p′,}[_{qp′} ]_ℓ (α_{M−1}) ] , (58)

where p̄_{p′ ,}[_{qp′} ]_ℓ (α_m) is a posterior probability of event [x]_p′ = α_m, m = 0, 1, · · · , M − 1. As illustrated in subfigure (b), each factor node receives the posterior pmf of the L connected variable nodes from L links. From subfigure (c), we know that a single observation node transmits the mean and variance of the observation noise for each of the L connected variable nodes. Subfigure (d) indicates that each variable node receives the mean and variance of the observation noise from each of the L observation nodes.

Fig. 3. Messages in the factor graph: (a) messages sent from a variable node to L observation nodes, (b) messages got by an observation node from L variable nodes, (c) messages sent from an observation node to L variable nodes, (d) messages got by a variable node from L observation nodes.

Based on Figure 3, we describe the MP algorithm for variable node estimation in Algorithm 1. We initialize p̄_{p′,}[_{qp′} ]_ℓ (α_m) as 1/M for p^′ = 0, . . . , MN − 1, ℓ = 0, . . . , L − 1, and m = 0, . . . , M − 1. In each iteration, we first calculate the mean and variance of the observation noise at the observation node side, as given by μ_{p,[bp]ℓ} = L−1∑ i = 0 i ≠ ℓ

M−1∑ m=0 p̄_{[bp]i ,p} (α_m) [ H̃_{eff} ] p,[b_p]_i α_m, (59)

and σ^2_{p,[bp]ℓ} = L−1∑ i = 0 i ≠ ℓ

M−1∑ m=0 p_{[bp]i,p} (α_m) | | | | | [ H̃_{eff} ] p,[b_p]_i | | | | | 2 |α_m|^2

− | | | | M−1∑ m=0 p_{[bp]i,p} (α_m) α_m [ H̃_{eff} ] p,[b_p]_i | | | | 2 + σ^2_o , (60)

respectively, for p = 0, . . . , MN − 1, ℓ = 0, . . . , L − 1. Then, at the variable node side, the posterior probability of the transmitted symbol [x]_p′ for observation node [y][_{qp′} ]_ℓ ,

Algorithm 1 MP Algorithm for GOCDM Symbol Detection Input: y (the received GF-domain vector),

H̃_{eff} (the GF-domain channel matrix), b_p and q_p′ , p, p^′ = 0, 1, . . . , MN − 1 (indices vectors), σ^2_o (variance of elements of i.i.d. AWGN ω̆). I_{max} (the maximum allowed number of iterations).

Output: x̂ (estimation of the transmit symbols) 1: Initiation:

p̄_{p′,}[_{qp′} ]_ℓ (α_m) ← 1/M, with p^′ = 0, . . . , MN − 1, ℓ = 0, . . . , L − 1, and m = 0, . . . , M − 1. i ← 1 (iteration count), η ← 0 (convergence indicator), η_{max} ← η (maximum η in previous iterations).

2: while (i ⩽ I_{max}) and (η < 1) do 3: Calculate μ_{p,[bp]ℓ} and σ^2_{p,[bp]ℓ} by (59) and (60), respectively, for p = 0, . . . , MN − 1, ℓ = 0, . . . , L − 1.

4: Calculate p̄_{p′,}[_{qp′} ]_ℓ (α_m) ← Δp̃_{p′,}[_{qp′} ]_ℓ (α_m) + (1 − Δ) p̄_{p′,}[_{qp′} ]_ℓ (α_m), with p̃_{p′,}[_{qp′} ]_ℓ (α_m) calculated by (61), (62), and (63), for p^′ = 0, . . . , MN − 1, ℓ = 0, . . . , L − 1, m = 0, . . . , M − 1. 5: Calculate convergence indicator η by (64), (65), and (66).

6: if η > η_{max} then 7: η_{max} ← η 8: Update x̂ by (67). 9: else if η < η_{max} − ϵ then 10: break 11: end if 12: i ← i + 1 13: end while 14: return x̂

i.e., p̄_{p′ ,}[_{qp′} ]_ℓ (α_m), is updated as (1 − Δ) p̄_{p′ ,}[_{qp′} ]_ℓ (α_m) + Δp̃_{p′,}[_{qp′} ]_ℓ (α_m), where Δ is a constant in the range (0,1). The parameter Δ, referred to as the damping factor, is used to control the convergence rate of the algorithm. The term p̃_{p′,}[_{qp′} ]_ℓ (α_m) represents the posterior probability of the transmitted symbol [x]_p′ for observation node [y][_{qp′} ]_ℓ calculated based on the most recently received messages from the other L − 1 observation nodes, as given by

p̃_{p′,}[_{qp′} ]_ℓ (α_m) = p̆_{p′ ,}[_{qp′} ]_ℓ (α_m) ∑_{M−1} k=0 p̆_{p′ ,}[_{qp′} ]_ℓ (α_k)

(61)

where

p̆_{p′,}[_{qp′} ]_ℓ (α_m) = L−1∏ i=0,i≠ℓ p̄ ( [y] [^q_p′ ]_i | [x]_p′ = α_m ) , (62)

with

p̄ ( [y] [^q_p′ ]_i | [x]_p′ = α_m ) = exp − | | | |[y][q_p′ ]_i − [ H̃_{eff} ] [qp′ ]_i,p^′ [x]_p′ − μ[_{qp′} ]_{i,p′} | | | | 2

σ^2[_{qp′} ]_{i,p′} .

(63)

Next, the convergence factor η is calculated by η = 1 N N−1∑ n=0 I ( max α_m ∈X p̄_p′ (α_m) ⩾ γ ) , (64)

where γ is a probabilistic threshold constant, which is less than but close to 1; I(·) is the indicator function, which evaluates to 1 if the condition inside the parentheses is true and 0 otherwise; p̄_p′ (α_m) is the posterior probability of event [x]_p′ = α_m after obtaining the messages from all the L related observation nodes. It is calculated by

p̄_p′ (α_m) = p̂_p′ (α_m) ∑_{M−1} k=0 p̂_p′ (α_k)

(65)

with

p̂_p′ (α_m) = L−1∏ ℓ=0 p̄ ( [y] [^q_p′ ]_ℓ | [x]_p′ = α_m ) . (66)

After updating the convergence factor η, we compare it with the historical maximum convergence factor η_{max}. If η is less than η_{max} and their difference exceeds a constant ϵ, the iteration is terminated; otherwise, the iteration continues. If η exceeds η_{max}, the value of η_{max} is updated to η, and the estimation of x is recalculated as

[x̂]_p′ = arg max α_m∈X p̄_p′ (α_m) . (67)

VI. SIMULATION RESULTS AND DISCUSSION In this section, we employ Monte Carlo simulations to evaluate the performance of the proposed GOCDM system. First, we compare the PAPR of GOCDM signals with that of OCDM signals. Subsequently, we evaluate the BER performance of GOCDM under two distinct doubly selective channels: a mobile underwater acoustic channel and a terrestrial mobile RF channel. The performance is benchmarked against traditional OCDM and OFDM signals.

Fig. 4 depicts the comparison of the PAPR among the proposed GOCDM, conventional OCDM, and OFDM signals. The PAPR is calculated directly from the baseband sequence of the block, denoted as s_n. For a given symbol block, the PAPR is defined as P AP R =^{Pmax}_{Pavg} , where P_{max} is the maximum value of |s_n|^2 and P_{avg} is the average value of |s_n|^2 in the block. Both the GOCDM and OCDM baseband sequences have a length of 128, excluding the cyclic prefix, and employ a 4-QAM constellation. Due to the randomness of the transmitted data bits, the PAPR of each signal block is also random. Let P AP R_0 be the PAPR threshold for the transmitted signal blocks, and Pr (P AP R > P AP R_0) be the probability that the PAPR exceeds P AP R_0. For each waveform, we randomly generated 10^7 symbol blocks to calculate the probability of event P AP R > P AP R_0. As demonstrated in the figure, in a statistical sense, the PAPR of GOCDM is significantly better

Fig. 4. Comparison of the PAPR among GOCDM, OCDM and OFDM signals, where the number of orthogonal chirps in the OCDM symbols is N = 128, while GOCDM is configured with MN = 128. 4-QAM constellations are used in both systems.

than that of OCDM and OFDM. Additionally, for GOCDM signals, given a fixed symbol length (i.e., the product of M and N is constant), waveforms with smaller N exhibit a better PAPR.

Next, we evaluate the bit error performance of GOCDM in time-frequency doubly selective channels. We first consider the application scenarios of GOCDM in underwater acoustic communications, where either the transmitter or the receiver, or both, are mounted on mobile underwater platforms. The configuration details for the transmitted signals are presented in Table I. The relative velocity V between the transmitter and receiver is 40 kilometers per hour. The speed of sound C is 1500 meters per second. The channel consists of 9 physical paths, each with attenuation factors that follow a zeromean complex Gaussian distribution. The attenuation factors of these paths are mutually independent. Table II presents the time delays and the mean squared values of the power attenuation factors for each path. The Doppler shift for path i is v_i = v_{max} cos (θ_i) where v_{max} represents the maximum Doppler shift, calculated from the relative velocity V , carrier frequency f_c, and sound speed C as v_{max} =^{V fc}_C . Here, θ_i denotes the angle between the signal arrival direction for path i and the relative motion direction of the transmitter and receiver, and θ_i is uniformly distributed in the interval [−0.5π, 0.5π]. The angles θ_i are mutually independent across different paths. Based on the aforementioned parameters, the channel’s time spread S_t and Doppler Spread S_f are calculated to be 14.7 milliseconds and 355.6 Hertz, respectively. The product S_tS_f of the channel is 5.2, which is significantly greater than 1, indicating that the channel is an overspread channel and exhibits rapid time-variation characteristics. In the MP receivers for both GOCDM and OCDM, we set the damping factor Δ of the MP algorithm to 0.6. Each fractional Doppler shift path is equivalently simulated using 10 paths with integer Doppler shifts, i.e., B_i = 10.

TABLE I CONFIGURATION PARAMETERS FOR UWA SIGNALS

Parameter value Carrier frequency f_c 24 kHz Bandwidth 3.2 kHz No. of samples per block without CP 128 Constellation 4-QAM Symbol block duration T 55 ms Guard interval 15 ms

TABLE II DELAY-POWER PROFILE OF THE UWA CHANNEL PATHS

Path delay (mS) Relative power (dB) 0 0 0.6 -0.6 1.3 -1 2.2 -1.3 6.9 -2.8 7.5 -4.2 8.1 -3.5 13.1 -6.2 13.8 -7.3 14.7 -8.1

Fig. 5 illustrates the comparison of bit error rate (BER) performance among GOCDM, OCDM, and OFDM under the above system settings. The horizontal axis represents the energy per bit to noise power spectral density ratio (Eb/N0), measured in decibels (dB). It should be noted that in all simulations presented in this paper, the calculation of the signal’s energy per bit takes into account the overhead introduced by the cyclic prefix. As observed from the figure, whether using a receiver based on MMSE equalization or an iterative receiver based on the MP algorithm, the BER performance of GOCDM is slightly superior to that of OCDM. Additionally, it is evident that both GOCDM and OCDM significantly outperform OFDM when employing the MMSE receiver. This is because the energy of any data symbol in GOCDM (or OCDM) is spread across all frequency subchannels of the channel, allowing the data symbol to experience the diversity of the subchannel frequency responses. In contrast, in OFDM, the energy of any given data symbol is allocated to a single subcarrier. Although the Doppler effect in the channel causes this symbol’s energy to spread to adjacent subcarriers, the data symbol still does not fully experience the diversity of the channel’s frequency response.

Next, we evaluate the bit error performance of GOCDM in terrestrial RF doubly selective channels. We consider a vehicular mobile communication scenario where the relative velocity V between the transmitter and receiver is 500 kilometers per hour. The carrier frequency, bandwidth, symbol duration, and other parameters of the transmitted signals (including GOCDM, OCDM, and OFDM signals) are detailed in Table III. The delay-power profile of the channel paths is configured using the extended vehicular A model [33], with specific parameters provided in Table IV. Based on the relative

Fig. 5. BER performance comparison for GOCDM, OCDM and OFDM in UWA mobile channels, where the number of orthogonal subchannels in OCDM (or OFDM) is set to be N = 128, while GOCDM is configured with MN = 128. 4-QAM constellations are used in all systems.

velocity V between the transmitter and receiver and the carrier frequency f_c, the maximum Doppler shift v_{max} of the signal is calculated to be 2315 Hz. Its normalized value is 0.0386 (with a normalization factor of 1/T ). The Doppler shifts of the channel paths are independent random variables, where the Doppler shift of path i is given by v_i = v_{max} cos(θ_i)), and θ_i is a uniformly distributed random variable in the interval [−π/2, π/2]. Since the normalized Doppler shifts of the paths are significantly less than 0.5, we approximate each fractional Doppler-shift path by 5 paths with integer Doppler shifts, i.e., B_i = 5. Similar to the example in UWA communication, the damping factor and the maximum allowed iterations for the MP algorithm are set to 0.6 and 20, respectively. It is noteworthy that, due to the near-light speed of electromagnetic wave propagation, the product of the delay spread and Doppler spread S_tS_f in a vehicular mobile communication channel is much less than 1, indicating that it is an underspread LTV channel.

Fig. 6 compares the BER performance of GOCDM, OCDM, and OFDM under the above underspread radio channel. All three systems have a symbol block length of 256 (ideal sampling points, excluding the cyclic prefix length). For the GOCDM system, the parameters M and N are set to 8 and 32, respectively. As depicted in the figure, the performance of GOCDM is almost the same to that of OCDM, regardless of whether MMSE equalizers or the MP algorithms are used for detection. Furthermore, both GOCDM and OCDM systems significantly outperform the OFDM system.

VII. CONCLUSION This paper extends the conventional DFnT by introducing a unitary transform known as the GDFnT. Using this transform, data symbol vectors in the GF domain are converted into timedomain signal vectors, resulting in novel signal waveforms

TABLE III CONFIGURATION PARAMETERS OF THE TERRESTRIAL RF SIGNALS

Parameter Value Carrier frequency f_c 5 GHz Bandwidth 15.360 MHz No. of samples per block without CP 256 Constellation 4-QAM Symbol block duration T 19.27 μs Guard interval 2.6 μs

TABLE IV DELAY-POWER PROFILE OF THE EXTENDED VEHICULAR A MODEL

Path delay (nS) Relative power (dB) 0 0 30 -1.5 150 -1.4 310 -3.6 370 -0.6 710 -9.1 1090 -7.0 1730 -12.0 2510 -16.9

Fig. 6. BER performance comparison for GOCDM, OCDM, and OFDM under EVA channel model with relative motion velocity of 500 kmph. The number of subcarriers in OFDM and the number of chirps in OCDM are both 256. For GOCDM, the parameters M and N are set to 8 and 32, respectively.

termed GOCDM. We derived the GF-domain channel matrix based on a time-frequency doubly selective channel characterized by multiple Doppler shifts of channel paths. By leveraging the sparsity of the GF-domain channel matrix, iterative detection for data symbols of GOCDM is performed using the message passing algorithm. Simulation results demonstrate that GOCDM offers significant advantages in terms of PAPR while achieving slightly better BER performance than OCDM under overspread DS channels, or nearly identical performance under underspread DS channels.

APPENDIX A PROOF OF LEMMA 1 With (32), for any given p, q = 0, 1, . . . , MN − 1, it is easy to verify that

[ΠΘ^H_{M,N} ]_{p,q} = [ Θ^H_{M,N} ] ⟨p−1⟩_{M N} ,q , (68) and [Θ^H_{M,N} Π]_{p,q} = [ Θ^H_{M,N} ] p,⟨q+1⟩_{M N} . (69) Therefore, we have [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = [ Θ^H_{M,N} ] ⟨p−1⟩_{M N} ,q − [ Θ^H_{M,N} ] p,⟨q+1⟩_{M N} = [Θ_{M,N} ]^∗_{q,⟨p−1⟩M N} − [Θ_{M,N} ]^∗_{⟨q+1⟩M N ,p} , (70) where the second equality in (70) arises from the fact that Θ^H_{M,N} is a unitary matrix.

Let’s denote p and q as p = ⌊^p_M ⌋M + ⟨p⟩_M and q = ⌊^q_M ⌋M + ⟨q⟩_M , respectively. From (4), we have

[Θ_{M,N} ]_{p,q} = [Φ_N ]_⌊ p_{M ⌋,⌊} q_{M ⌋} δ [⟨p⟩_M − ⟨q⟩_M ]

= [Φ_N ]_⌊ p_{M ⌋,⌊} q_{M ⌋} δ [⟨p − q⟩_M ] . (71)

Using (71), we can rewrite (70) as [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = ( [Φ_N ]_⌊ q_{M ⌋,⌊} ⟨p−1⟩_{M NM ⌋} − [Φ_N ]_⌊ ⟨q+1⟩_{M NM ⌋,⌊} p_{M ⌋} )_∗ δ [⟨q − p + 1⟩_M ] . (72)

Now, let’s discuss the value of the right-hand side of (72) for different p and q as follows.

(1) The case ⟨q − p + 1⟩_M ≠ 0 [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q =0, sine δ [⟨q − p + 1⟩_M ] = 0 when ⟨q − p + 1⟩_M ≠ 0 .

(2) The case ⟨q − p + 1⟩_M = 0 Before initiating the discussion of this case, please note that the N-pint DFnT matrix Φ_N is a circulant matrix. Specifically, for any given m and n, m, n = 0, 1, · · · , N − 1, we have [Φ_N ]_{m,n} = [Φ_N ]_{⟨m+1⟩N ,⟨n+1⟩N} [26]. We then divide the case ⟨q − p + 1⟩_M = 0 into four sub-cases, each of which is discussed as follows.

(2.1) The case p = 0, q = MN − 1 and ⟨q − p + 1⟩_M = 0 [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = ( [Φ_N ]_{N−1,N−1} − [Φ_N ]_{0,0} )_∗ = 0 (73)

(2.2) The case p = 0, q ≠ MN − 1 and ⟨q − p + 1⟩_M = 0 [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = ( [Φ_N ]_⌊ q_{M ⌋,N−1} − [Φ_N ]_⌊ q_{M ⌋+1,0} )_∗ = 0 (74)

(2.3) The case p ≠ 0, q = MN − 1 and ⟨q − p + 1⟩_M = 0 [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = ( [Φ_N ]_{N−1,⌊} p_{M ⌋−1} − [Φ_N ]_{0,⌊} p_{M ⌋} )_∗

= 0 (75)

(2.4) The case p ≠ 0, q ≠ MN − 1 and ⟨q − p + 1⟩_M = 0 [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = ( [Φ_N ]_⌊ q_{M ⌋,⌊} p−1_{M ⌋} − [Φ_N ]_⌊ q+1_{M ⌋,⌊} p_{M ⌋} )_∗

= { [Φ_N ]^∗_{⌊ qM ⌋,⌊ pM ⌋−1} − [Φ_N ]^∗_{⌊ qM ⌋+1,⌊ pM ⌋} , if ⟨p⟩_M = 0 [Φ_N ]^∗_{⌊ qM ⌋,⌊ pM ⌋} − [Φ_N ]^∗_{⌊ qM ⌋,⌊ pM ⌋} , if ⟨p⟩_M ≠ 0 = 0 (76)

From the above, it is evident that for any p and q, p, q = 0, 1, . . . , MN − 1, the equality [ ΠΘ^H_{M,N} − Θ^H_{M,N} Π ] p,q = 0 always holds. Therefore, we have ΠΘ^H_{M,N} = Θ^H_{M,N} Π, which completes the proof of Lemma 1.

REFERENCES

[1] D. N. C. Tse and P. Viswanath, Fundamentals of Wireless Communication.

Cambridge, U.K.: Cambridge Univ. Press, 2005.

[2] IEEE 802.11 Working Group, “Wireless LAN Medium Access Control (MAC) and Physical Layer (PHY) Specification,” 1997.

[3] S. Sesia, I. Toufik, and M. Baker, Eds., LTE: The UMTS Long Term Evolution. John Wiley and Sons, 2009.

[4] M. Shafi et al., “5G: A Tutorial Overview of Standards, Trials, Challenges, Deployment, and Practice,” IEEE Journal on Selected Areas in Communications, vol. 35, no. 6, pp. 1201-1221, June 2017.

[5] R. Zhang, B. Ai, L. Yang, H. Song and Z. -q. Li, “A precoding and detection scheme for OFDM based wireless communication system in high-speed environment,” IEEE Transactions on Consumer Electronics, vol. 60, no. 4, pp. 558-566, Nov. 2014.

[6] Y. Zhao and S.-G. Haggman, “Intercarrier interference self-cancellation scheme for OFDM mobile communication systems,” IEEE Transactions on Communications, vol. 49, no. 7, pp. 1185-1191, July 2001.

[7] Z. Tang, R. C. Cannizzaro, G. Leus, and P. Banelli, “Pilot-Assisted Time- Varying Channel Estimation for OFDM Systems,” IEEE Transactions on Signal Processing, vol. 55, no. 5, pp. 2226-2238, May 2007.

[8] M. Wen, X. Cheng, L. Yang, Y. Li, X. Cheng and F. Ji, “Index modulated OFDM for underwater acoustic communications,” IEEE Communications Magazine, vol. 54, no. 5, pp. 132-137, May 2016.

[9] Y. Wang, C. Yang and B. Ai, “Iterative companding transform and filtering for reducing PAPR of OFDM signal,” IEEE Transactions on Consumer Electronics, vol. 61, no. 2, pp. 144-150, May 2015.

[10] E. Hong, Y. Park, S. Lim and D. Har, “Adaptive phase rotation of OFDM signals for PAPR reduction,” IEEE Transactions on Consumer Electronics, vol. 57, no. 4, pp. 1491-1495, Nov. 2011.

[11] H. Ochiai and H. Imai, “On the distribution of the peak-to-average power ratio in OFDM signals,” IEEE Transactions on Communications, vol. 49, no. 2, pp. 282-289, Feb. 2001.

[12] P. T. Gómez, M. G. Sánchez and L. A. L. Valcárcel, “Impact of limiting PAPR in 5G uplink when channel estimation is not accurate,” IEEE Transactions on Consumer Electronics, vol. 70, no. 1, pp. 318-326, Feb. 2024.

[13] B. Liu, L. Gui, W. Zhang and J. Xiong, “Frequency domain feed-forward filter combined DFE structure in single carrier systems over time-varying channels,” IEEE Transactions on Consumer Electronics, vol. 54, no. 4, pp. 1569-1575, Nov. 2008.

[14] J. Tao, “DFT-Precoded MIMO OFDM Underwater Acoustic Communications,” IEEE Journal of Oceanic Engineering, vol. 43, no. 3, pp. 805-819, July 2018.

[15] X. Ouyang and J. Zhao, “Orthogonal Chirp Division Multiplexing,” IEEE Transactions on Communications, vol. 64, no. 9, pp. 3946-3957, Sept. 2016.

[16] M. S. Omar and X. Ma, “Performance Analysis of OCDM for Wireless Communications,” IEEE Transactions on Wireless Communications, vol. 20, no. 7, pp. 4032-4043, July 2021.

[17] X. Ouyang, O. A. Dobre, Y. L. Guan, and P. Townsend, “Channel Estimation for Multiple-Input Multiple-Output Orthogonal Chirp-Division Multiplexing Systems,” IEEE Transactions on Wireless Communications, vol. 23, no. 1, pp. 436-449, Jan. 2024.

[18] Y. Wang, R. Zhang, L. Yan, and X. Ma, “Pilot Chirp-Assisted OCDM Communications Over Time-Varying Channels,” IEEE Wireless Communications Letters, vol. 12, no. 9, pp. 1578-1582, Sept. 2023.

[19] B. Wang, Y. Wang, Y. Li, and X. Guan, “Underwater Acoustic Communications Based on OCDM for Internet of Underwater Things,” IEEE Internet of Things Journal, vol. 10, no. 24, pp. 22128-22142, Dec. 2023.

[20] B. Yiqi and H. Chuanlin, “Analysis of Doppler and Multipath on Orthogonal Chirp Division Multiplexing in Shallow Water Acoustic Channel,” IEEE Access, vol. 10, pp. 95928-95935, 2022.

[21] Y. Wang, Z. Shi, X. Ma, and L. Liu, “A Joint Sonar-Communication System Based on Multicarrier Waveforms,” IEEE Signal Processing Letters, vol. 29, pp. 777-781, 2022.

[22] L. Giroto de Oliveira et al., “Discrete-Fresnel Domain Channel Estimation in OCDM-Based Radar Systems,” IEEE Transactions on Microwave Theory and Techniques, vol. 71, no. 5, pp. 2258-2275, May 2023.

[23] R. Bomfin, D. Zhang, M. Matthé and G. Fettweis, “A Theoretical Framework for Optimizing Multicarrier Systems Under Time and/or Frequency-Selective Channels,” IEEE Communications Letters, vol. 22, no. 11, pp. 2394-2397, Nov. 2018.

[24] R. Bomfin, M. Chafii, and G. Fettweis, “Low-Complexity Iterative Receiver for Orthogonal Chirp Division Multiplexing,” in Proc. IEEE Wireless Communications and Networking Conference (WCNC), Marrakech, Morocco, Apr. 2019, pp. 1-6.

[25] M. S. Omar, J. Qi, and X. Ma, “Mitigating Clipping Distortion in Multicarrier Transmissions Using Tensor-Train Deep Neural Networks,” IEEE Transactions on Wireless Communications, vol. 22, no. 3, pp. 2127- 2138, Mar. 2023.

[26] Y. Liu, F. Ji, M. Wen, H. Qing, D. Wan and Z. Hu, “Message-Passing Receiver for OCDM in Vehicular Communications and Networks,” IEEE Internet of Things Journal, doi: 10.1109/JIOT.2024.3387887.

[27] B. Li, Z. Fei, and Y. Zhang, “UAV Communications for 5G and Beyond:

Recent Advances and Future Trends,” IEEE Internet of Things Journal, vol. 6, no. 2, pp. 2241-2263, Apr. 2019.

[28] F. Hasegawa et al., “High-speed Train Communications Standardization in 3GPP 5G NR,” IEEE Communications Standards Magazine, vol. 2, no. 1, pp. 44-52, Mar. 2018.

[29] W. Li, B. Lin, R. Guo and Z. Hao, “OTFS for Underwater Acoustic Communications: Frame Design and Channel Estimation,” in Proc. OCEANS-MTS/IEEE U.S. Gulf Coast, Biloxi, MS, USA, Sep. 2023, pp. 1-9.

[30] C. D. Meyer, “Matrix analysis and applied linear algebra. Society for Industrial and Applied Mathematics,” Philadelphia:SIAM, 2023.

[31] F. Hlawatsch and G. Matz, Wireless Communications Over Rapidly Time-Varying Channels. Cambridge. MA, USA: Elsevier Press, 2011.

[32] P. Raviteja, K. T. Phan, Y. Hong, and E. Viterbo, “Interference Cancellation and Iterative Detection for Orthogonal Time Frequency Space Modulation,” IEEE Trans. on Wireless Communications, vol. 17, no. 10, pp. 6501-6515, Oct. 2018.

[33] Evolved Universal Terrestrial Radio Access (E-UTRA); Base Station (BS) Radio Transmission and Reception, Version 8.6.0, document 3GPP TS 36.104, Jul. 2009.